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1 Reason for Change
a) Justification:
The change request attempts to close the following CONR items:

	ID
	Open Date
	Type
	Section
	Description
	Status

	D804

	2007-01-19
	T
	D
	Source: Siemens

Form: OMA-REL-2007-0005

Comment: The filter criteria does not take into account the discrete media feature tag (g.poc.discretemedia).
	Status: OPEN

	D806

	2007-01-20
	T
	D.2
	Source: Jan Holm, Ericsson

Form: OMA-REL-2007-0029
Comment: Filter criteria for Instant message, FDCFO need to be included

Proposed Change: Add to the list of originating filer criteria:

CASE method="MESSAGE" AND header="Accept-Contact" = "+g.poc.fdcfo"  


THEN: ROUTE request to the specified PoC Server Originating Port Address

CASE method="MESSAGE" AND header="Accept-Contact" = "+g.poc.discretemedia"  


THEN: ROUTE request to the specified PoC Server Originating Port Address


	Status: OPEN 



	D807

	2007.01.22
	T
	Appendix D.2
	Source: aallen@rim.com

Form: OMA-REL-2007-0056R01
Comment: Filter Criteri Examples need to be update to take account of other feature tags
Proposed Change:  Resolve

 
	Status: OPEN



	D808

	2007.01.22
	T
	Appendix D.3
	Source: aallen@rim.com

Form: OMA-REL-2007-0056R01
Comment: Filter Criteri Examples need to be update to take account of other feature tags
Proposed Change:  Resolve

 
	Status: OPEN



	D809

	2007-01-20
	T
	D.3
	Source: Jan Holm, Ericsson

Form: OMA-REL-2007-0029
Comment: Filter criteria for Instant message, FDCFO need to be included

Proposed Change: Add to the list of terminating filer criteria:

CASE method="MESSAGE" AND header="Accept-Contact" = "+g.poc.fdcfo"  


THEN: ROUTE request to the specified PoC Server Originating Port Address

CASE method="MESSAGE" AND header="Accept-Contact" = "+g.poc.discretemedia"  


THEN: ROUTE request to the specified PoC Server Originating Port Address


	Status: OPEN 




b) Clauses affected:

See Section column of the justification
c) Summary of change:
The filter criteria are extended to handle MESSAGE with the new feature tags +g.poc.discretemedia and +g.poc.fdcfo and to handle OPTIONS as specified in RFC3261, 11 Querying for Capabilities:

…
   The SIP method OPTIONS allows a UA to query another UA or a proxy

   server as to its capabilities.  This allows a client to discover

   information about the supported methods, content types, extensions,

   codecs, etc. without "ringing" the other party.   
….
This behavior can be used

      as a "traceroute" functionality to check the capabilities of

      individual hop servers by sending a series of OPTIONS requests

      with incremented Max-Forwards values.

….
The other feature tags (+g.poc.interworking, +g.poc.dispatcher) do not require any filter criteria as they are always used together with PoC feature tag +g.poc.talkburst.
d) Consequence if not approved:
Review comments not closed
e) Reason for revision:
R01 – Brno meeting comments applied. Main changes:
· A NOTE is added to the terminating initial filter criteria stating that they are valid both in registered and unregistered case (SessionCase = "TERMINATING_REGISTERED" OR SessionCase = "TERMINATING_UNREGISTERED")
· 5.X subclause added stating how the other mandatory SIP methods (e.g. ACK and OPTIONS) are handled
R02 – 
· R&A comments clarification
	Mr. Park Sungjin
	Yes
	SIP OPTION method is not described in PoC CP. What is this method for?
	2007-03-23 01:57:46

	Mr. Holm Jan
	Yes
	There is no description in the CP on how to route MESSAGE, OPTIONS or SUBSCRIBE to the PoC Box in the unregisterred case.
	2007-03-23 12:35:19


The OPTIONS is needed as RFC3261 says

  The SIP method OPTIONS allows a UA to query another UA or a proxy

   server as to its capabilities.  This allows a client to discover

   information about the supported methods, content types, extensions,

   codecs, etc. without "ringing" the other party. For example, before

   a client inserts a Require header field into an INVITE listing an

   option that it is not certain the destination UAS supports, the

   client can query the destination UAS with an OPTIONS to see if this

   option is returned in a Supported header field.  All UAs MUST support

   the OPTIONS method.

 In order to discover information about the supported methods, … , the SIP OPTIONS request needs to be delivered to the same place as SIP INVITE request. 

The terminating filter criteria are split to PoC User related and to PoC Group or PoC Session related. Clarification is added on how the initial request towards a PoC Group or a PoC Session is routed in the terminating network.
R03 – Frankfurt meeting comments clarification. Main changes:

- received OPTIONS handling described in more details in the PoC Server, PoC Client and PoC Box
R04 – Dallas meeting comment applied. Main changes:

· - 6.2.10 reference updated

· - NOTEs are added stating that only terminating side is described as any entity can send OPTIONS

· - editorial changes as raised at the meeting
2 Impact on Backward Compatibility
None
3 Impact on Other Specifications
None.
4 Intellectual Property Rights

Members and their Affiliates (collectively, "Members") agree to use their reasonable endeavours to inform timely the Open Mobile Alliance of Essential IPR as they become aware that the Essential IPR is related to the prepared or published Specification.  This obligation does not imply an obligation on Members to conduct IPR searches.  This duty is contained in the Open Mobile Alliance application form to which each Member's attention is drawn.  Members shall submit to the General Manager of Operations of OMA the IPR Statement and the IPR Licensing Declaration.  These forms are available from OMA or online at the OMA website at www.openmobilealliance.org.

5 Recommendation
It is recommended that the proposed changes are discussed and agreed. 
6 Detailed Change Proposal

PoC Client OPTIONS handling
 6.2.10 PoC Client receiving capability query
NOTE: 
Only the terminating side capability query procedures are described since any entity can send the SIP OPTIONS request
Upon receiving a SIP OPTIONS request, the PoC Client:
· 1. SHALL handle the SIP OPTIONS request as an SIP INVITE request as specified in the subclause 6.2.1.2 "Auto-answer case" or in the subclause 6.2.1.3
"Manual-answer case"  modified as follows:

· a) the MIME SDP offer procedures are executed with a MIME SDP body containing MBCP and PoC Speech;
· b) the interactions with the User Plane are not performed;
· c) the PoC User is not alerted and no information is rendered, indicated or displayed to the PoC User; and,
· d) if generating the SIP 200 "OK" response, the PoC Client additionally: 
· i. SHOULD include in the SIP response an Allow header with the supported SIP methods according to rules and procedures of [RFC3261]; 

· ii. SHOULD include in the SIP response an Accept header with the supported MIME body Media Types according to rules and procedures of [RFC3261]; 
· iii. SHOULD include in the SIP response an Accept-Encoding header with the supported encoding formats according to rules and procedures of [RFC3261]; 
· iv. SHOULD include in the SIP response a Supported header with an option tag 'timer' according to rules and procedures of [RFC3261]; 
· v. SHALL either remove the Contact header from the SIP response or SHALL replace the Contact header value in the SIP response with the PoC Address of the PoC User according to rules and procedures of [RFC3261]; and,
· vi. SHALL either remove the MIME SDP body from the SIP response or SHALL replace the MIME SDP body in the SIP response with a MIME SDP body containing the Media Types, the Media-floor Control Entities and the Media-floor Control Entity bindings supported by the PoC Client according to rules and procedures of [RFC3261].
NOTE: The MIME SDP body included in the SIP 200 "OK" response to the SIP OPTIONS request is not an SDP answer.

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS Session establishment mechanisms according to rules and procedures of [3GPP TS 24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

detection of the PoC Server role for OPTIONS
 7.1.5 Reception of a SIP OPTIONS request

Upon receiving a SIP OPTIONS request containing the PoC feature tag '+g.poc.talkburst' in the Accept-Contact header the PoC Server:

· 1. SHALL if it is the Originating PoC Service Point Trigger continue as specified in the subclause 7.3.1.X "Querying for capabilities"; or,

· 2. SHALL if the Terminating PoC Service Point Trigger and the Request-URI contains a SIP URI corresponding to a PoC Group or PoC Session Identity known by the PoC Server, continue as specified in the subclause 7.2.1.Y "Querying for capabilities"; or,

· 3. SHALL if it is the Terminating PoC Service Point Trigger and the Request-URI contains a SIP-URI corresponding to a PoC User served by the PoC Server continue as specified in the subclause 7.3.2.Z "Querying for capabilities".
· originating PF OPTIONS handling
 7.3.1.X Querying for capabilities
Upon receiving a SIP OPTIONS request containing a Request-URI with a Conference-Factory-URI owned by this PoC Server, the PoC Server:
· 1. SHALL handle the SIP OPTIONS request as an SIP INVITE request as specified in the subclause 7.3.1.4 "PoC Session establishment or rejoin using On-demand Session" modified as follows:

· a) the MIME SDP offer procedures are executed with a MIME SDP body containing MBCP and PoC Speech;
· b) the interactions with the User Plane are not performed;

· c) the SIP OPTIONS request does not establish a PoC Session; and,
· d) the subclause 7.2.1.Y "Querying for capabilities" is invoked instead of the subclause 7.2.1.2 "Ad-hoc PoC Group and 1-1 PoC Session setup request".
Upon receiving a SIP OPTIONS request containing a Request-URI not owned by this PoC Server, the PoC Server:

· 1. SHALL handle the SIP OPTIONS request as an SIP INVITE request as specified in the subclause 7.3.1.4 "PoC Session establishment or rejoin using On-demand Session" modified as follows:

· a) the MIME SDP offer procedures are executed with a MIME SDP body containing MBCP and PoC Speech;
· b) the interactions with the User Plane are not performed;

· c) the SIP OPTIONS request is sent instead of the SIP INVITE request;

· d) the SIP OPTIONS request does not establish a PoC Session; and,
· e) if the SIP 200 "OK" response is generated and  if the PoC Server acts as B2BUA, the PoC Server additionally: 
· i. SHOULD include in the SIP response an Allow header with the supported SIP methods according to rules and procedures of [RFC3261]; 

· ii. SHOULD include in the SIP response an Accept header with the supported MIME body Media Types according to rules and procedures of [RFC3261]; 
· iii. SHOULD include in the SIP response an Accept-Encoding header with the supported encoding formats according to rules and procedures of [RFC3261]; 
· iv. SHOULD copy into the SIP response the Accept-Language header from the received 200 "OK" SIP response according to rules and procedures of [RFC3261]; 
· v. SHOULD copy into the SIP response the Supported header from the received 200 "OK" SIP response according to rules and procedures of [RFC3261]; 
· vi. SHALL either remove the Contact header from the SIP response or SHALL replace the Contact header value in the SIP response with the Contact header value of the received SIP response according to rules and procedures of [RFC3261]; and,
vii. SHALL either remove the MIME SDP body from the SIP response or SHALL replace the MIME SDP body in the SIP response with the MIME SDP body of the received SIP response to rules and procedures of [RFC3261].
NOTE: The MIME SDP body included in the SIP 200 "OK" response to the SIP OPTIONS request is not an SDP answer.

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS Session establishment mechanisms according to rules and procedures of [3GPP TS 24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.
Change 1:  CF OPTIONS handling
 7.2.1.Y Querying for capabilities
NOTE: 
Only the terminating side capability query procedures are described since any entity can send the SIP OPTIONS request
Upon receiving a SIP OPTIONS request, the PoC Server:

· 1. SHALL handle the SIP OPTIONS request as an SIP INVITE request as specified in the subclause 7.2.1.2 "Ad-hoc PoC Group and 1-1 PoC Session setup request", the subclause 7.2.1.3 "Pre-arranged PoC Group Session setup request", the subclause 7.2.1.4 "Rejoining PoC Session request" or the subclause 7.2.1.5 "Joining Chat PoC Group Session request" modified as follows:

· a) the MIME SDP offer procedures are executed with a MIME SDP body containing MBCP and PoC Speech;
· b) the interactions with the User Plane are not performed;
· c) the SIP request does not establish a PoC Session and does not add the PoC Client to the PoC Session;
· d) a SIP INVITE request to be sent to an Invited PoC Client is not sent and is handled as if the sent SIP INVITE request is responded with SIP 200 "OK" response with MIME body containing all the offered Media Types and Media-floor Control Entities including appropriate binding; and,
· e) if generating the SIP 200 "OK" response, the PoC Server additionally: 

· i. SHOULD include in the SIP response an Allow header with the supported SIP methods according to rules and procedures of [RFC3261]; 

· ii. SHOULD include in the SIP response an Accept header with the supported MIME body Media Types according to rules and procedures of [RFC3261]; 
· iii. SHOULD include in the SIP response an Accept-Encoding header with the supported encoding formats according to rules and procedures of [RFC3261]; 
· iv. SHOULD include in the SIP response an Accept-Language header with the supported languages according to rules and procedures of [RFC3261]; 
· v. SHOULD include in the SIP response a Supported header with an option tags 'timer', 'multiple-refer' and 'norefersub' according to rules and procedures of [RFC3261]; 
· vi. SHALL either remove the Contact headers from the SIP response or SHALL replace the Contact header value with the Request-URI value of the SIP OPTIONS request according to rules and procedures of [RFC3261]; and,
· vii. SHALL either remove the MIME SDP body from the SIP response or SHALL replace the MIME SDP body in the SIP response with a MIME SDP body containing the Media Types, the Media-floor Control Entities and the Media-floor Control Entity bindings supported by the PoC Server with port of each SDP m-line set to 0 according to rules and procedures of [RFC3261].
NOTE: The MIME SDP body included in the SIP 200 "OK" response to the SIP OPTIONS request is not an SDP answer.

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS Session establishment mechanisms according to rules and procedures of [3GPP TS 24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.
Change 2:  terminating PF OPTIONS handling
 7.3.2.Z Querying for capabilities

Upon receiving a SIP OPTIONS request, the PoC Server:

· 1. SHALL handle the SIP OPTIONS request as an SIP INVITE request as specified in the subclause 7.3.2.2.1 "Automatic-answer using On-demand Session" or in the subclause 7.3.2.2.3 "Manual-answer using On-demand Session" modified as follows:

· a) the MIME SDP offer procedures are executed with a MIME SDP body containing MBCP and PoC Speech;
· b) the interactions with the User Plane are not performed;

· c) the SIP OPTIONS request is sent instead of the SIP INVITE request;

· d) the SIP OPTIONS request does not establish  a PoC Session; and,
· e) if the SIP 200 "OK" response is generated and if the PoC Server acts as B2BUA, the PoC Server additionally: 

· i. SHOULD include in the SIP response an Allow header with the supported SIP methods according to rules and procedures of [RFC3261]; 

· ii. SHOULD include in the SIP response an Accept header with the supported MIME body Media Types according to rules and procedures of [RFC3261]; 
· iii. SHOULD include in the SIP response an Accept-Encoding header with the supported encoding formats according to rules and procedures of [RFC3261]; 
· iv. SHOULD copy into the SIP response the Accept-Language header from the received 200 "OK" SIP response according to rules and procedures of [RFC3261]; 
· v. SHOULD copy into the SIP response the Supported header from the received 200 "OK" SIP response according to rules and procedures of [RFC3261]; 
· vi. SHALL either remove the Contact header from the SIP response or SHALL replace the Contact header value in the SIP response with the Contact header value of the received SIP response according to rules and procedures of [RFC3261]; and,
· vii. SHALL either remove the MIME SDP body from the SIP response or SHALL replace the MIME SDP body in the SIP response with the MIME SDP body of the received SIP response to rules and procedures of [RFC3261].
NOTE: The MIME SDP body included in the SIP 200 "OK" response to the SIP OPTIONS request is not an SDP answer.

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS Session establishment mechanisms according to rules and procedures of [3GPP TS 24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.
 8.1.x NW PoC Box receiving capability query
NOTE: 
Only the terminating side capability query procedures are described since any entity can send the SIP OPTIONS request
Upon receiving a SIP OPTIONS request, the NW PoC Box:

· 1. SHALL handle the SIP OPTIONS request as an SIP INVITE request as specified in the subclause 8.1.3.1 "Invited to PoC Session" modified as follows:

· a) the MIME SDP offer procedures are executed with a MIME SDP body containing MBCP and PoC Speech;
· b) the interactions with the User Plane are not performed; and,
· c) if generating the SIP 200 "OK" response the NW PoC Box additionally: 

· i. SHOULD include in the SIP response an Allow header with the supported SIP methods according to rules and procedures of [RFC3261]; 

· ii. SHOULD include in the SIP response an Accept header with the supported MIME body Media Types according to rules and procedures of [RFC3261]; 
· iii. SHOULD include in the SIP response an Accept-Encoding header with the supported encoding formats according to rules and procedures of [RFC3261]; 
· iv. SHOULD include in the SIP response a Supported header with an option tag 'timer' according to rules and procedures of [RFC3261]; 
· v. SHALL either remove the Contact header from the SIP response or SHALL replace the Contact header value in the SIP response with the PoC Address of the PoC User according to rules and procedures of [RFC3261]; and,
· vi. SHALL either remove the MIME SDP body from the SIP response or SHALL replace the MIME SDP body in the SIP response with a MIME SDP body containing the Media Types, the Media-floor Control Entities and the Media-floor Control Entity bindings supported by the NW PoC Box according to rules and procedures of [RFC3261].

NOTE: The MIME SDP body included in the SIP 200 "OK" response to the SIP OPTIONS request is not an SDP answer.

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the NW PoC Box SHALL use 3GPP/3GPP2 IMS Session establishment mechanisms according to rules and procedures of [3GPP TS 24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

 8.1.y UE PoC Box receiving capability query
NOTE: 
Only the terminating side capability query procedures are described since any entity can send the SIP OPTIONS request
Upon receiving a SIP OPTIONS request, the UE PoC Box:

· 1. SHALL handle the SIP OPTIONS request as an SIP INVITE request as specified in the subclause 8.1.3.1 "Invited to PoC Session" modified as follows:

· a) the MIME SDP offer procedures are executed with a MIME SDP body containing MBCP and PoC Speech;
· b) the interactions with the User Plane are not performed; and,
· c) if generating the SIP 200 "OK" response, , the UE PoC Box additionally: 

· i. SHOULD include in the SIP response an Allow header with the supported SIP methods according to rules and procedures of [RFC3261]; 

· ii. SHOULD include in the SIP response an Accept header with the supported MIME body Media Types according to rules and procedures of [RFC3261]; 
· iii. SHOULD include in the SIP response an Accept-Encoding header with the supported encoding formats according to rules and procedures of [RFC3261]; 
· iv. SHOULD include in the SIP response a Supported header with an option tag 'timer' according to rules and procedures of [RFC3261]; 
· v. SHALL either remove the Contact header from the SIP response or SHALL replace the Contact header value in the SIP response with the PoC Address of the PoC User according to rules and procedures of [RFC3261]; and,
· vi. SHALL either remove the MIME SDP body from the SIP response or SHALL replace the MIME SDP body in the SIP response with a MIME SDP body containing the Media Types, the Media-floor Control Entities and the Media-floor Control Entity bindings supported by the UE PoC Box according to rules and procedures of [RFC3261].

NOTE: The MIME SDP body included in the SIP 200 "OK" response to the SIP OPTIONS request is not an SDP answer.

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the UE PoC Box SHALL use 3GPP/3GPP2 IMS Session establishment mechanisms according to rules and procedures of [3GPP TS 24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

Appendix D Initial Filter Criteria                                           (Informative)

D.14 General

The 3GPP IMS/ 3GPP2 MMD SIP/IP Core uses initial Filter Criteria to determine the routing of initial SIP requests between the home network SIP/IP Core and Application Servers such as the PoC Server. The initial Filter Criteria is part of the PoC User subscription information and represent the provisioned subscription of a PoC User to an application(s). This clause is only informative because it is likely that the PoC service needs to be integrated with other SIP based services potentially hosted on different platforms from the PoC Server. In this case the initial Filter Criteria for the PoC service needs to be integrated with initial Filter Criteria for the other applications. 
If some other SIP/IP Core than 3GPP IMS/ 3GPP2 MMD that does not use initial Filter Criteria is used to deploy the PoC service then the logic identified here needs to be implemented by the SIP/IP Core to route the PoC related SIP requests to the PoC Server.

Further details on initial Filter Criteria are specified in [TS23.218] and [TS29.228].

D.15 Originating Filter Criteria

NOTE: 
Originating Filter Criteria is indexed on the P-Asserted-Identity header.
CASE method="INVITE" AND header="Accept-Contact" = "+g.poc.talkburst"  


THEN: ROUTE request to the specified PoC Server Originating Port Address

CASE method="OPTIONS" AND header="Accept-Contact" = "+g.poc.talkburst"  


THEN: ROUTE request to the specified PoC Server Originating Port Address

CASE method="MESSAGE" AND header="Accept-Contact" = "+g.poc.talkburst"   


THEN: ROUTE request to the specified PoC Server Originating Port Address

CASE method="MESSAGE" AND header="Accept-Contact" = "+g.poc.groupad"  


THEN: ROUTE request to the specified PoC Server Originating Port Address

CASE method="MESSAGE" AND header="Accept-Contact" = "+g.poc.discretemedia"  


THEN: ROUTE request to the specified PoC Server Originating Port Address

CASE method="MESSAGE" AND header="Accept-Contact" = "+g.poc.fdcfo"  


THEN: ROUTE request to the specified PoC Server Originating Port Address

CASE method="SUBSCRIBE" AND header="Accept-Contact" = "+g.poc.talkburst"  

THEN:  ROUTE request to the specified PoC Server Originating Port Address

CASE method="PUBLISH" AND header="Accept-Contact" = "+g.poc.talkburst"   


THEN: ROUTE request to the specified PoC Server Originating Port Address.

CASE method="REFER" AND header="Accept-Contact" = "+g.poc.talkburst"   


THEN: ROUTE request to the specified PoC Server Originating Port Address.

D.16 Terminating Filter Criteria

D.3.1 Terminating Filter Criteria for PoC Address when a PoC Client is registered
NOTE:  Terminating Filter Criteria is indexed based on the Request-URI.

The following terminating filter criteria apply when the Request-URI contains the PoC Address and a PoC Client identified by the Request-URI is registered (SessionCase = "TERMINATING_REGISTERED").
CASE method="INVITE" AND header="Accept-Contact" = "+g.poc.talkburst"  


THEN: ROUTE request to the specified PoC Server Terminating Port Address

CASE method="OPTIONS" AND header="Accept-Contact" = "+g.poc.talkburst"  


THEN: ROUTE request to the specified PoC Server Terminating Port Address

CASE method="MESSAGE" AND header="Accept-Contact" = "+g.poc.talkburst" 


THEN: ROUTE request to the specified PoC Server Terminating Port Address

CASE method="MESSAGE" AND header="Accept-Contact" = "+g.poc.groupad"  


THEN: ROUTE request to the specified PoC Server Terminating Port Address

CASE method="MESSAGE" AND header="Accept-Contact" = "+g.poc.discretemedia"  


THEN: ROUTE request to the specified PoC Server Terminating Port Address

CASE method="MESSAGE" AND header="Accept-Contact" = "+g.poc.fdcfo"  


THEN: ROUTE request to the specified PoC Server Terminating Port Address



D.3.2 Terminating Filter Criteria for PoC Address when no PoC Client is registered
NOTE: Terminating Filter Criteria is indexed based on the Request-URI.

The following terminating filter criteria apply when the Request-URI contains the PoC Address and no PoC Client identified by the Request-URI is registered (SessionCase = "TERMINATING_UNREGISTERED").

CASE method="INVITE" AND header="Accept-Contact" = "+g.poc.talkburst"  


THEN: ROUTE request to the specified PoC Server Terminating Port Address

CASE method="OPTIONS" AND header="Accept-Contact" = "+g.poc.talkburst"  


THEN: ROUTE request to the specified PoC Server Terminating Port Address

D.3.3 Terminating Filter Criteria for PoC Group Identity or PoC Session Identity
NOTE: Terminating Filter Criteria is indexed based on the Request-URI.

The following terminating filter criteria apply when the Request-URI contains the PoC Group Identity or the PoC Session Identity and the SIP/IP Core uses the initial Filter Criteria to determine the routing of the SIP request.
NOTE: Depending on the Request-URI structure, the SIP/IP Core can route the SIP request to the PoC Server without considering the initial Filter Criteria.
CASE method="INVITE" AND header="Accept-Contact" = "+g.poc.talkburst"  


THEN: ROUTE request to the specified PoC Server Terminating Port Address

CASE method="OPTIONS" AND header="Accept-Contact" = "+g.poc.talkburst"  


THEN: ROUTE request to the specified PoC Server Terminating Port Address

CASE method="MESSAGE" AND header="Accept-Contact" = "+g.poc.groupad"  


THEN: ROUTE request to the specified PoC Server Terminating Port Address

CASE method="MESSAGE" AND header="Accept-Contact" = "+g.poc.discretemedia"  


THEN: ROUTE request to the specified PoC Server Terminating Port Address

CASE method="MESSAGE" AND header="Accept-Contact" = "+g.poc.fdcfo"  


THEN: ROUTE request to the specified PoC Server Terminating Port Address

CASE method="SUBSCRIBE" AND header="Accept-Contact" = "+g.poc.talkburst"  

THEN:  ROUTE request to the specified PoC Server Terminating Port Address
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