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1 Reason for Contribution

The gap analyses between the PTT Consortium User Requirement Specification in OMA-REQ-2003-0548-POC-ReqMaterial_fromPOCsubmission and the OMA RD was requested in the OMA meeting in Berlin.  In this contribution, the change requests are presented to cover certain part of user requirement in the PTT Consortium Specification.

Responsiveness of the system to user request is an important user experience consideration. To support this objective, methods that would provide quick response and user action should be considered.

One approach that could provide the appearance of quick response would entail buffering of voice input from the originating user. This 'early media' approach would thus provide quick response to the originating user to submit the initial voice burst.

This 'early media' approach could be supported when the server knows that one or more of the invited users permits auto-answer mode. When this is the case, the originating user would receive an early indication to speak before the other users actually joined the call.  The server would spool the voice message from the originating user and would then play it out after one or more of the invited participants actually joined.  Subsequent voice bursts would be distributed to the users connected to the call in normal real-time mode.

Note that in this 'early media' case, there is a chance that none of the invited users is actually available and could result in the voice burst being collected, but never delivered.  This may impact perception of the user experience by the originating user.

2 Summary of Contribution

It is proposed to include the early media and modify the RD as proposed in the next chapter.

3 Detailed Proposal

In the section 6.1: add the following bullet to the list of high-level requirements:
· The PoC service entity may provide the originating user with an early indication to start to speak even before invited users accept the call. For minimizing the latencies the voice may be buffered in the system before transferring to the invited user.
4 Intellectual Property Rights Considerations

None known.

5 Recommendation

Consider adding these requirements into the PoC RD.
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