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	ID
	Open Date
	Spec
Section
	Description
	Status

	
	
	General
	Editorial:

Align the titles referring to other sub-clauses of the document to use italic font and same size.
	

	
	
	CP 6.2.1.1
	Editorial:

In step 4: 

“rules and procedures specified in [draft-ietf-sip-session-timer]”
	

	
	
	CP 6.2.1.1
	Technical:

Evidently we should insert a step about Allow header and supported methods? Only when sending 200 OK or in all non-100?
	

	
	
	CP 6.2.1.1
	Editorial:

The last paragraph:

“use 3GPP/3GPP2 IMS mechanisms”
	

	
	
	CP 6.2.1.2, 6.2.1.3, 6.2.1.4
	Technical:

Because several codecs may be given in the answer and there may be other media parameters, make the following changes in step b:

“b) The selected codecs and other media parameters;”
	

	
	
	CP 6.2.1.2, 6.2.1.3, 6.2.1.4
	Technical:

Because several protocols may be given in the answer, make the following changes in step d:

“d) The selected Talk Burst Control Protocols and the port numbers to be used for the Talk Burst Control Protocol.”
	

	
	
	CP 6.2.1.2, 6.2.1.3
	Technical:

Evidently the word “has” isn’t the correct word when speaking of answer modes?
	

	
	
	CP 6.2.1.3
	Technical:

Clarify the step 4. Otherwise error response 408 is always wrongly sent before sending 200 OK.
	

	
	
	CP 6.2.2
	Editorial:

On the first line: “re-INVITE request a MIME SDP body including” should evidently have “with” i.e. “re-INVITE request with a MIME SDP body including”
	

	
	
	CP 6.2.2
	Technical:

In step 1a we should evidently use “Media Parameters” instead of “media capabilities”.
	

	
	
	CP 6.2.2
	Editorial:

Remove comma after ‘mechanisms’ in the last paragraph.
	

	
	
	CP 6.2.3.1
	Technical:

In step 2 should we talk about PoC Session instead of SIP session?
	

	
	
	CP 6.2.4
	Technical:

Wrong references to subclauses (numbers and titles).
	

	
	
	CP 6.2.4
	Editorial:

Remove comma after ‘mechanisms’ in the last paragraph.
	

	
	
	CP 6.2.5
	Technical:

Generation of 200 OK is missing.
	

	
	
	CP 6.2.5
	Editorial:

Remove ‘the’ before ‘mechanisms’ in the last paragraph.
	

	
	
	CP 6.2.7
	Technical/Editorial:

A dot is evidently missing between sentences in the first paragraph.
	

	
	
	CP 6.2.7
	Technical/Editorial:

Wrong references to sub-clauses (numbers).
	

	
	
	CP 6

CP 7
	Editorial:

Align: “according to rules and procedures of [reference]”
	

	
	
	CP 7
	Technical:

There seems to be both 403 and 404 error responses because of checking Accept-Contact header. Shall be align: 404 is correct.
	

	
	
	CP 7
	When anonymity is requested, it is not specified what a B2BUA inserts in the From header.
	

	
	
	CP 7.1
	Technical:

Chat PoC Group seems to be missing.
	

	
	
	CP 7.1
	Technical:

Group Advertisement (MESSAGE) handling specification is missing.
	

	
	
	CP 7.1
	Technical:

In the steps 1a and 1b under the “Upon receiving a SIP SUBSRIBE …” Group Identity is not defined under 3.2 Definitions. Should it be better to say “to a identity identifying a PoC Group” instead of “to a Group Identity identifying a PoC Group”?
	

	
	
	CP 7.2.1.1, 7.2.1.11.2
	Technical:

In the last paragraph: “the PoC Client SHALL” --> “the PoC Server SHALL”
	

	
	
	CP 7.2.1.2
	Technical:

Evidently we should check Accept-Contact and not Contact header in step 2.
	

	
	
	CP 7.2.1.2
	Technical:

What step 4 really wants to say? Actually a Conference URI is allocated.
	

	
	
	CP 7.2.1.2
	Technical/Editorial:

The step 1.a)iii under “Upon receiving a SP 183 …” is not aligned with other similar instances (e.g. in step 2.iii).
	

	
	
	CP 7.2.1.2, 7.2.1.3, 7.2.1.4, 7.2.1.5
	Technical:

Because there may be other media parameters, make the following changes in step ii/b (several places)

“The selected codec and other media parameters;”
	

	
	
	CP 7.2.1.2, 7.2.1.3, 7.2.1.7, 7.2.2.2
	Technical:

Add the following as the last paragraph:

“When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.”
	

	
	
	CP 7.2.1.2, 7.2.1.3
	Technical:

Clarify the structure and increase readability.
	

	
	
	CP 7.2.1.3

7.1
	Technical:

In the step 2 Group Session Identity is missing (joining case). Is it possible to recognize Group Session Identity with the specification in step 2c of 7.1?
	

	
	
	CP 7.2.1.3, 7.2.1.5
	Technical:

Should not continue to step 3 from step 2 in error case.
	

	
	
	CP 7.2.1.3
	Technical:

In step 5 Pre-arranged PoC Group Session set-up case is missing (only joining mentioned).
	

	
	
	CP 7.2.1.3
	Technical/Editorial:

The step 2)iii under “if the group has …” is not aligned with other similar instances (e.g. in step 2)iii. under 183 response receiving).
	

	
	
	CP 7.2.1.3
	Editorial:

There are many same steps in 7.2.1.2 and 7.2.1.3. They should be aligned to increase readability.
	

	
	
	CP 7.2.1.3
	Technical:

Should set-up and joining case be separate sub-clauses? In joining case no 180, 183 nor 200 response has to be waited. Joining case is described also in 7.2.1.4. Evidently these 
	

	
	
	CP 7.2.1.4, 7.2.1.2, 7.2.1.3
	Technical:

The NOTE before the last paragraph in 7.2.1.4 should be copied also to 7.2.1.2 and 7.2.1.3. It should be normative text  as in step 11 of 7.2.1.5.
	

	
	
	CP 7.2.1.6
	Technical:

Evidently the joining policy for Unrestricted Chat PoC Group is missing.

Should there be joining policy also for Unrestricted Pre-arranged Group? 
	

	
	
	CP 7.2.1.6
	Editorial:

Proposal: Make the following changes:

The PoC Server performing the Controlling PoC Function SHALL allow only those PoC Users to join in the Pre-arranged PoC Group Session that it hosts who

· are members of the Pre-arranged PoC Group i.e. Authenticated Originator’s PoC Address of the joining User matches to the authorization rule allowing <join-handling> action as specified  in [POC XDM Specification].
The PoC Server performing the Controlling PoC Function SHALL allow only those PoC Users to join in the Chat PoC Group Session that it hosts who

· are members of the Chat PoC Group i.e. Authenticated Originator’s PoC Address of the joining User matches to the authorization rule allowing <join-handling> action as specified in [POC XDM Specification].
	

	
	
	CP 7.2.1.8
	Technical:

REFER is sent in a new SIP dialog in case pre-established session is used. In that case Accept-Contact etc shall be checked.

Does it work when sent inside a SIP dialog in on-demand case when Participating Server is acting as B2BUA, because the Contact address received by the Client is combination of controlling and participating address? Do we need more specification to prevent Participating Server to handle the REFER request in that case?
	

	
	
	CP 7.2.1.8
	Technical:

In step 3: INVITE --> REFER
	

	
	
	CP 7.2.1.8
	Technical:

Clarify step 6.
	

	
	
	CP 7.2.1.8
	Technical:

In step 7 do we need to check whether only one PoC user is invited? According to the [draft-multiple-refer] inserting “norefersub” is a must when inviting multiple users. 
	

	
	
	CP 7.2.1.8
	Technical:

Sending NOTIFY under “Upon receiving a SIP 406 …” should evidently be depend on the usage of “norefersub” option tag.
	

	
	
	CP 7.2.1.8
	Technical:

Evidently the following is missing:

“SHALL send a notification to the PoC Addresses of the PoC Group members who have subscribed conference state event package that a PoC Group member(s) has joined in the PoC Group Session.”
	

	
	
	CP 7.2.1.9.2
	Technical:

Step 4 should be dependent on “norefersub” option tag.
	

	
	
	CP 7.2.1.9.2
	Technical/Editorial:

Would it be more readable to move the SIP BYE handling is separate sub-clause?
	

	
	
	CP 7.2.1.10
	Technical:

Is the word “respectively” missing in the end of the step 2?
	

	
	
	CP 7.2.1.11.1
	Technical:

Shall not continue to step 2 after the error condition in step 1.
	

	
	
	CP 7.2.1.12
	Technical:

Exploder functionality is missing. If not specified, should we route to an Exploder service? Or is it the Client which has to put correct URI in the Request-URI?
	

	
	
	CP 7.2.1.12
	Technical:

Shall not continue to step 3 after the error condition in step 2.
	

	
	
	CP 7.2.1.16
	Technical:

“The termination policy may be e.g. a combination of one or more items of the following list according to the local policy defined by the operator:”
	

	
	
	CP 7.2.2.1
	Technical:

To increase readability of the step 6:

“6. SHALL include in the Contact header as PoC Session Identity the contact address of the conference with the PoC feature-tag '+g.poc.talkburst' and the feature tag “isfocus” and a Session Type uri-parameter set according to the type of the PoC Session.”
	

	
	
	CP 7.2.2.2
	Technical:

Because there may be other media parameters, make the following changes in step 3b:

“b) set the supported codecs and other media parameters of the PoC Server,”
	

	
	
	CP 7.2.2.2
	Technical:

Clarify step 3c.
	

	
	
	CP 7.2.2.2
	Technical:

Because several protocols may be offered, make the following changes in step 3d:

“d) The offered Talk Burst Control Protocols and the port numbers for the Talk Burst Control Protocol.”
	

	
	
	CP 7.2.2.5
	Technical:

Clarify the step 1 after “Upon receipt of a SIP 200 …”
	

	
	
	CP 7.3.2.1
	Technical:

Between the steps 5 and 6 after the “The PoC Server” it should be added a new step:

“SHOULD include the Allow header with the supported SIP methods.”
	

	
	
	CP 7.3.2.1
	Technical:

The functionality after the “On receipt of the SIP 200 “OK” response  …” seems to be for B2BUA. Evidently proxy functionality is missing. 
	

	
	
	CP 7.3.2.1
	Technical:

Add before step 1 after the “On receipt of the SIP 200 “OK” response  …”:

“SHALL store the list of supported SIP methods if received in the Allow header;”
	

	
	
	CP 7.3.2.1
	Technical:

The step 5 after the “On receipt of the SIP 200 “OK” response  …” should be consistent with other places with same functionality and should be replaced with:

“5. SHOULD include the Allow header with the supported SIP methods.”


	

	
	
	CP 7.3.2.2.1
	Technical:

Error response handling is missing.
	

	
	
	CP 7.3.2.2.3
	Technical:

Error response handling is missing.
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