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1 Reason for Contribution

This contribution describes a solution to the following comment in the OMA-POC-2004-1148R04:

	248 (246)
	2004.11.30
	CP 7.3.1.4
	Missing description about behavior if Request-URI is hosted at the Poc server should be added:

“Upon receiving an initial SIP INVITE request that contains a Request-URI hosted at this PoC Server it SHALL proceed as described in 7.2.1.2”

(OMA-POC-2004-1091)
	[2004.12.03]

Valid comment.

The proposal was not fully discussed.

AI: contribution assigned to Ericsson

	301 (298)
	2004.11.30
	CP 7.3.1.4
	Technical:

Branch telling what to do when the Request-URI is hosted on this server is missing.

(OMA-POC-2004-1093)
	[2004.12.03]

Valid comment.

AI: contribution assigned to Ericsson.


2 Summary of Contribution

A note is inserted to clarify that the case when the PoC Server is hosting the PoC Session identified by the Request-URI in an INVITE is described in another subclause.

3 Proposal

7.3.1.4   PoC Session initiation using On-demand Session

Upon receiving an initial SIP INVITE request that contains a Request-URI not hosted at this PoC Server either:
NOTE:
The procedure when the SIP INVITE contains a Request-URI hosted by the PoC Server is described in the subclause 7.2.1 “Request terminating at the Controlling PoC Function”.
· 1. SHALL behave as a B2BUA according to rules and procedures of [RFC3261] for the duration of the PoC Session, when staying on the media path and Talk Burst control path and;

· 2. SHALL generate a SIP INVITE request as specified in subclause 7.3.1.1 "General";

· 3. SHALL insert its address in the Contact-header of the SIP INVITE request; 

· 4. SHALL if a P-Alerting-Mode header with the value "MAO" is present in the incoming SIP INVITE request authorize whether the Served PoC User indicated by the Authenticated Originator's PoC Address is entitled to request Manual Answer Override and if authorized then include a P-Alerting-Mode header with the value "MAO" otherwise the PoC Server SHALL return a SIP 403 "Forbidden" response and not continue with the rest of the steps.
· 5. SHALL include the Media Parameters of the PoC Server in the SIP INVITE request as follows:

a) SHALL include a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] as follows:

i. the IP address and port number at the PoC Server for the RTP Session;

ii. set the supported codecs of the PoC Client; 

iii. if another IP address or port is used instead of the default IP address and port number as specified in [RFC3550], set the IP address and port number at the PoC Server for the RTCP Session according to rules and procedures of [RFC3605];

iv. the offered Talk Burst Control Protocol and the port number(s) for the Talk Burst Control Protocol.

· 6. SHALL send the SIP INVITE request towards the PoC Server performing the Controlling PoC Function according to rules and procedures of the SIP/IP Core.

or 

· 7. SHALL act as a SIP proxy according to rules and procedures of [RFC3261] for the duration of the PoC Session, when not staying in media and Talk Burst control message path the PoC Server;

· 8. SHALL forward the SIP INVITE request towards the PoC Server performing the Controlling PoC Function.

Upon receiving a SIP 180 "Ringing" response and when the PoC Server is acting as a B2BUA, the PoC Server 

· 1. SHALL generate a SIP 180 "Ringing" response to the SIP INVITE request as specified in the subclause 7.3.1.1 "General";

· 2. SHALL forward the SIP 180 "Ringing" response to the PoC Client according to rules and procedures of the SIP/IP Core.

Upon receiving a SIP 180 "Ringing" response and when the PoC Server is acting as a SIP proxy the PoC Server SHALL forward the SIP response according to rules and procedures of [RFC3261].

Upon receiving a SIP 200 "OK" response, the PoC Server is acting  as a B2BUA

· 1. SHALL generate a SIP 200 "OK" response as specified in the subclause 7.3.1.1 "General"; 

· 2. SHALL include a MIME SDP body  as a SDP answer according to rules and procedures of [RFC3264] and [RFC2327] as follows:

a) The IP address and port number at the PoC Server for the RTP Session;

b) The selected codec; 

c) If another IP address or port is used instead of the default IP address and port number as specified in [RFC3550], set the IP address and port number at the PoC Server for the RTCP Session according to rules and procedures of [RFC3605];

d) The selected Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol and optionally "tb-granted" indication as specified in C.3 "SDP Extensions".  

· 3. SHALL send the SIP 200 "OK" response to the PoC Client according to rules and procedures of SIP/IP Core;

· 4. interact with User Plane as specified in [OMA-PoC-UP] "Participating PoC Function procedures at PoC Session initialization";

· 5. SHALL include unmodified a P-Answer-State header if a P-Answer-State header was present in the incoming SIP 200 "OK" response;
· 6. SHALL send the SIP 200 "OK" response towards the initiating PoC Client.

Upon receiving a SIP 200 "OK" response, when the PoC Server is acting  as a SIP proxy

· 1. SHALL forward the SIP 200 "OK" response toward the initiating PoC Client according to rules and procedures of [RFC3261] and SIP/IP Core;

· 2. SHALL continue to act as a SIP proxy for the duration of the PoC Session.

Upon receiving a SIP final response other than a SIP 200 "OK", the PoC Server SHALL forward the SIP final response along the signalling path towards the initiating PoC Client.

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

4 Intellectual Property Rights

Members and their Affiliates (collectively, "Members") agree to use their reasonable endeavours to inform timely the Open Mobile Alliance of Essential IPR as they become aware that the Essential IPR is related to the prepared or published Specification.  This obligation does not imply an obligation on Members to conduct IPR searches.  This duty is contained in the Open Mobile Alliance application form to which each Member's attention is drawn.  Members shall submit to the General Manager of Operations of OMA the IPR Statement and the IPR Licensing Declaration.  These forms are available from OMA or online at the OMA website at www.openmobilealliance.org.

5 Recommendation

It is recommended that the proposed text in chapter 3 is included in the next version of the XX document. 
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