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1. Scope


This document defines the Control Plane signaling procedures of the PoC Client and PoC Server for Push to Talk over Cellular (PoC) service. Example detailed signaling flows for the reference points POC-1, POC-2 and IP-1 are also included in this specification.


This control plane specification is based on the procedures specified in [OMA-PoC-AD] "High level procedures".

2. References
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		IETF RFC 2234 (November 1997): "Augmented BNF for Syntax Specifications: ABNF", 
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		IETF RFC 2327 (April 1998): "SDP: Session Description Protocol", 
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		IETF RFC 3108 (May 2001): "Conventions For the Use of The Session Description Protocol (SDP) for ATM Bearer Connections",
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		IETF RFC 3261 (June 2002): "SIP: Session Initiation Protocol",
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		IETF RFC 3262 (June 2002): "Reliability of Provisional Responses in the Session Initiation Protocol (SIP)",
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		IETF RFC 3264 (June 2002): "An Offer/Answer Model with the Session Description Protocol (SDP)",


URL:http://www.ietf.org/rfc/rfc3264.txt
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		IETF RFC 3265 (June 2002): "Session Initiation Protocol (SIP)-Specific Event Notification",


URL:http://www.ietf.org/rfc/rfc3265.txt
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		IETF RFC 3311 "The Session Initiation Protocol (SIP) UPDATE Method",


URL:http://www.ietf.org/rfc/rfc3311.txt
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		IETF RFC 3312 (October 2002): “Integration of Resource Management and Session Initiation Protocol (SIP)",
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		IETF RFC 3320 (January 2003): "Signaling Compression (SigComp)", 
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3. Terminology and Conventions


3.1 Conventions


The key words “MUST", “MUST NOT", “REQUIRED", “SHALL", “SHALL NOT", “SHOULD", “SHOULD NOT", “RECOMMENDED", “MAY", and “OPTIONAL" in this document are to be interpreted as specified in [RFC2119].


All subclauses and appendixes, except “Scope" and “Introduction", are normative, unless they are explicitly indicated to be informative.


3.2 Definitions


		1-1 PoC Session

		A feature enabling a PoC User to establish a PoC Session with another PoC User



		1-many-1 Session

		A PoC Group Session for a Pre-arranged PoC Group in which one Participant is a Distinguished Participant and all other Participants are Ordinary Participants.



		Access Control

		User specified rules that restrict the set of other users that may establish PoC Sessions to the user.PoC service 



		Access List

		An Access List is a user specified list that restricts the set of users the network permits to initiate a PoC communication to the user.



		Active PoC Session

		An Active PoC Session is a PoC Session that carries both RTP and Talk Burst Control Protocol based packets to the user.  If the user has multiple PoC Sessions, at most only one may be active at any given time.



		Ad-hoc PoC Group

		An Ad-hoc PoC Group Session is a PoC Session for multiple PoC Users that does not involve the use or definition of a Pre-arranged or Chat Group.



		Answer Mode

		The Answer Mode Indication is the current Answer Mode PoC service setting of the PoC Client.



		Answer Mode Indication

		The Answer Mode Indication is the current Answer Mode PoC service setting of the PoC Client.



		Application Server

		An Application Server in 3GPP IMS or 3GPP2 MMD is a functional entity that implements the service logic for SIP sessions. When the SIP/IP Core used for the PoC service is according to 3GPP IMS or 3GPP2 MMD specifications, the PoC Server implements the Application Server functionality.Core



		Authenticated Originator's PoC Address

		The authenticated Originator's PoC Address is the PoC Address of the originating PoC Client that has been authenticated by the SIP/IP Core.Core



		Automatic Answer Mode

		Automatic Answer Mode is a PoC Client mode of operation in which the PoC Client accepts a PoC Session establishment request without manual intervention from the user; Media is immediately played when received.



		Chat PoC Group

		A Chat PoC Group is a persistent Group  in which each member individually joins the PoC Session, i.e., the establishment of a PoC Session to a Chat PoC group does not result in other members of the Chat PoC Group being invited.



		Chat PoC Group Session

		A Chat PoC Group Session is a PoC Session established to a Chat PoC Group.



		Conference-factory-URI

		A Conference Factory URI for PoC service is a provisioned SIP URI that identifies the PoC service in the Home PoC Network.



		Confirmed Indication

		A Confirmed Indication is a signalling message returned by the PoC Server to confirm that the PoC Server,  all other network elements intermediary to the PoC Server and a terminating PoC Client are able and willing to receive Media.



		Contact List

		A Contact List is a list available to the PoC User that contains the addresses of PoC Users or PoC Groups.



		Control Plane

		The Control Plane is the specification of the signaling  between the PoC Client and PoC Server, and between PoC Servers for the Push to talk over Cellular (PoC) service.



		Controlling PoC Function

		The Controlling PoC Function is implemented in a PoC Server and provides centralized PoC Session handling, which includes RTP Media distribution, Talk Burst Control, policy enforcement for participation in Group Sessions, and the Participant information.



		Conversation

		A Conversation is a series of Talk Bursts within a PoC Session in which the inter-arrival spacing of the Talk Bursts is less than a defined time interval; typically, the talk bursts are associated to a logical exchange between two or more users.



		Distinguished Participant

		The Distinguished Participant is a Participant in a 1-many-1 Session that sends RTP Media to all Ordinary Participants, and that receives RTP Media  from any Ordinary Participant.



		Dormant PoC Session

		A Dormant PoC Session is a PoC Session in which the user receives TBCP and no RTP Media. If the user has multiple PoC Sessions, all except at most one PoC Session are dormant.



		Exploder URI

		An Exploder URI is an address of a SIP URI-list service. A URI-list service is a specialized application service that receives a SIP request with a list of URIs and generates a similar SIP request to each of the URIs on the list. The SIP URI-list service includes a copy of the body of the original SIP request in the generated  SIP requests.



		Filter Criteria

		Filter Criteria is routing logic used in the 3GPP IMS or 3GPP2 MMD SIP Core to route SIP requests to the correct Application Server.



		Group

		A Group is a predefined set of PoC users that is identified by a SIP URI. A PoC client uses  the Group to establish PoC Sessions  and to define PoC Session access policy.



		Group Advertisement

		A Group Advertisement is a feature that provides the capability to inform other PoC Users of the existence of a PoC Group.



		Home PoC Network

		The Home PoC Network is a network comprising a SIP/IP Core and PoC Server, both operated by the user's PoC service provider.  The Home PoC Network is the same as the Home Network defined in IMS and MMD specifications.Core



		Home PoC Server

		The Home PoC Server is the PoC Server owned  by service provider that provides PoC service to the user.



		Incoming Instant Personal Alert Barring

		Incoming Instant Personal Alert Barring is a PoC service setting for the PoC Client that conveys the PoC User's desire for the PoC service to block all incoming Instant Personal Alerts.



		Incoming PoC Session Barring

		Incoming PoC Session Barring is a PoC service setting for the PoC client that conveys the PoC User's desire for the PoC service to block all incoming PoC Session requests.



		Instant Personal Alert

		Instant Personal Alert is a feature in which a PoC user sends a SIP based instant message to a PoC user requesting a 1-1 PoC Session.



		Invited PoC Client

		An Invited PoC Client is a PoC client that is invited to a PoC Session.



		Inviting PoC Client

		An Inviting PoC Client is a PoC Client that invites other PoC user(s) to a PoC Session.



		Invited PoC User

		The PoC User who has been invited to a PoC Session.



		Manual Answer Mode

		Manual Answer Mode is a mode of operation in which the PoC Client requires the PoC User to manually accept the PoC Session invitation before the PoC Session is established.



		Media Parameters

		Media parameters are SIP/SDP based information exchanged between the PoC Server and the PoC Client that specify the characteristics of the media for a PoC Session being established or that already exists.



		On-demand Session

		An On-Demand Session is a PoC Session set-up mechanism in which all Media Parameters are negotiated at  PoC Session establishment.



		Ordinary Participant

		An Ordinary Participant is a Participant in a 1-many-1 Session that is only able to send Media to the Distinguished Participant, and that likewise is  only able to receive Media from the Distinguished Participant.



		Participant

		A Participant is a PoC User in a PoC Session.



		Participating PoC Function

		The Participating PoC Function is implemented in a PoC Server, and provides PoC Session handling,  which includes policy enforcement for incoming PoC Sessions and Talk Burst Control message relay between the PoC Client and the PoC Server performing the Controlling PoC Function. The Participating PoC Function  may also provide the Media relay function between PoC Client and the PoC Server performing the Controlling PoC Function.



		PDP Context

		Packet Data Protocol Context. A Packet Data Protocol (PDP) Context is a logical connection between a terminal and network, as defined in 3GPP General Packet Radio Service (GPRS) specifications. A PDP Context, as a logical connection, is mapped onto a physical layer radio connection. A PDP Context may be closely associated with a single application level flow, e.g., a voice service instance, or it may support multiple application level flows, e.g., a best effort packet data service instance.






		PoC Address

		A PoC Address identifies a PoC User. The PoC Address can be used by one PoC User to request communication with other PoC Users.



		PoC Client

		A PoC Client is a PoC functional entity that resides on the PoC User Equipment that supports the PoC service.PoC service



		PoC Group

		A PoC Group is a predefined set of PoC Users together with its attributes. A PoC Group is identified by a SIP URI.



		PoC Group Identity

		The PoC Group Identity is a SIP URI of the Pre-arranged PoC Group or Chat PoC Group.



		PoC Group Session

		A PoC Group Session is a Pre-arranged PoC Group, Ad-hoc PoC Group or Chat PoC Group Session.



		PoC Server

		The PoC Server implements the 3GPP IMS and 3GPP2 MMD application level network functionality for the PoC service. A PoC Server may perform the role of the Controlling PoC Function and Participating PoC Function, or both at the same time.



		PoC Session

		A PoC Session is a SIP ession established by the procedures of this Specification.  This Specification supports the following types of PoC Sessions:  1-1 PoC, Ad-hoc PoC Group, Pre-arranged PoC Group, or Chat PoC Group Session.



		PoC Session Identifier

		The PoC Session Identifier is an identifier associated with a PoC Session that uniquely distinguishes a particular PoC Session from all other PoC Sessions, including those that currently exist and those that do not.



		PoC Session Identity

		SIP URI received by the PoC Client during the PoC Session establishment in the Contact header.



		PoC Subscriber

		A PoC Subscriber is one whose service subscription includes the PoC service.



		PoC User

		A PoC User is a user of the PoC service.



		Pre-arranged PoC Group

		A Pre-arranged PoC Group is a persistent PoC Session Identity that has an associated set of PoC members.  The establishment of a PoC Session to a prearranged PoC Group results in all members being invited.



		Pre-established Session

		The Pre-established Session is a SIP Session established between the PoC Client and the PoC Server that performs the Participating Function.  The PoC Client establishes the Pre-established Session prior to making requests for PoC Sessions to other PoC users.  To establish a PoC Session based on a SIP request from the user, the PoC Server conferences other PoC Servers/Users to the Pre-established Session so as to create an end-to-end connection.



		Primary PoC Session

		The Primary PoC Session is a PoC Session that the PoC User selects in preference to other PoC Sessions.   When the user has simulatenous PoC Sessions, the Primary PoC Session has a priority over Secondary PoC Sessions.



		Remote PoC Network

		A Remote PoC Network is a network that consists of a SIP/IP Core and a PoC Server that hosts a Pre-arranged or Chat PoC Group.  The Remote PoC Network is owned or operated by a service provider other than the one to which the PoC Client subscribes.Core



		RTP Media

		RTP Media is the media carried in an RTP payload.



		RTP Session

		A RTP Session is considered as an association that allows exchange of RTP media streams and RTCP messages among a set of PoC functional entities.



		Secondary PoC Session

		A Secondary PoC Session is a PoC Session for which the PoC User receives media when there is no media present on the Primary PoC Session.



		Session Type

		A Session Type is a SIP URI-parameter used to convey the type of  SIP URI, and may take on one of the following values: adhoc, prearranged, chat or 1-1.



		Served PoC User

		A PoC User that obtains a PoC service from a PoC Server located in the Home PoC Network.service



		Service Instance

		A Service Instance is the instantiation of a logical connection across the radio interface associated with a particular protocol stack. Service Instances, as logical connections, are mapped onto the physical layer radio connections.  A Service Instance may be closely tied to a single application level flow, e.g., a voice service instance, or may support multiple application level flows, e.g., a best effort packet data service instance.



		SigComp

		SIGCOMP is a signaling compression mechanism specified in [RFC3320]; SIGCOMP in PoC provides for the compression of SIP requests and responses.



		Simultaneous PoC Session

		The term "Simultaneous PoC Session" refers to one of multiple SIP Sessions that a PoC Client concurrently supports.  It a PoC Client currently only supports one PoC Session, then the term "Simultaneous PoC Session" is not applicable.



		SIP Session

		A SIP Session is a SIP dialog.  From RFC 3261, a SIP dialog is defined as follows: A dialog is a peer-to-peer SIP relationship between two UAs that persists for some time.  A dialog is established by SIP messages, such as a 2xx response to an INVITE request. A dialog is identified by a call identifier, local tag, and a remote tag.  A dialog was formerly known as a call leg in RFC 2543.



		SIP URI

		From RFC 3261: "A SIP or SIPS URI identifies a communications resource" and "follows the guidelines in RFC 2396 [5]".  PoC uses SIP URIs to identify PoC Clients, PoC Servers, and PoC Sessions, resource lists that point to URI lists, etc.



		SIP User Agent

		A SIP User Agent is any SIP peer that performs SIP signaling  [RFC3261].



		Talk Burst

		A Talk Burst is the flow of Media from a PoC Client while that has the floor.



		Talk Burst Control

		Talk Burst Control is a control mechanism that arbitrates requests from the PoC Clients, for the right to send Media.



		Talk Burst Control Protocol

		Talk Burst Control Protocol (TBCP) is a protocol for performing Talk Burst Control, and is defined in these specifications.



		Talker Identification

		Talker Identification is the procedure by which the current Talker's Identity is determined and made known to listeners on the PoC Session.



		Unconfirmed Indication

		The Unconfirmed Indication is an indication returned by the PoC Server to confirm that it believes the PoC Client able to accept Media; the PoC Server sends the Unconfirmed Indication prior to determining that all egress elements are ready or even able to receive Media.



		Unrestricted Group

		An Unrestricted Group is a PoC Group that any PoC User may join.



		User

		A User is any entity that uses the described features through the User Equipment.



		User Accept List

		An Access List where are listed the SIP URIs for accepting the incoming PoC Sessions.



		User Equipment

		User Equipment is a hardware device that supports a PoC Client e.g., a wireless phone.



		User Plane

		The User Plane includes the Media and Media control signaling (e.g., Talk Burst Control Protocol) between the PoC Client and PoC Server.



		User Reject List

		A User Reject List is an Access List that contains SIP URIs for which the PoC Server rejects requests for incoming PoC Sessions to the User.





3.3 Abbreviations


		3GPP

		3rd Generation Partnership Project



		3GPP2

		3rd Generation Partnership Project 2



		AD

		Architecture Document



		APP

		Application-defined RTCP packet



		B2BUA

		Back to Back User Agent



		CREQ

		Conformance Requirements



		IANA

		Internet Assigned Numbers Authority



		IETF

		Internet Engineering Task Force



		IM

		IP Multimedia



		IMS

		IP Multimedia Subsystem



		IP

		Internet Protocol



		MIME

		Multipurpose Internet Mail Extensions



		MMD

		MultiMedia Domain



		OMA

		Open Mobile Alliance



		PDA

		Personal Digital Assitant



		PoC

		Push to talk over Cellular



		RFC

		Request For Comments (IETF specifications)



		RTCP

		RTP Control Protocol



		RTP

		Real-time Transport Protocol



		SCR

		Static Conformance Requirements



		SDP

		Session Description Protocol



		SIP

		Session Initiation Protocol



		TBCP

		Talk Burst Control Protocol



		TS

		Technical Specification (3GPP specifications)



		UCS

		Universal Character Set



		UDP

		User Datagram Protocol



		UE

		User Equipment



		UP

		User Plane



		URI

		Uniform Resource Identifier



		URL

		Uniform Resource Locator



		URN

		Uniform Resource Name



		USD

		User Specific Dictionary



		UTF-8

		UCS Transformation Format 8



		WAP

		Wireless Application Protocol



		XDM

		XML Document Management



		XML

		Extensible Mark-up Language





4. Introduction


This specification contains the Control Plane procedures for the Push-To-Talk over Cellular (PoC) service on the POC-1, POC-2 and IP-1 as specified in [OMA-PoC-AD]. 


The document is structured in the following way:


Clause 5:  "Common procedures" defines the common procedures and general principles, which are not described in the 3GPP/3GPP2 specifications. 


Clause 6:  "Procedures at the PoC Client" defines the originating and terminating procedures at the PoC Client in order to realize the respective features of the PoC service.


Clause 7:  "Procedures at the PoC Server" defines the originating and terminating procedures at the PoC Server, when it performs Controlling and Participating PoC Functions and the determination of the PoC Server role.  


Appendix A: "Change History" describes the document version history.

Appendix B: "Initial Filter Criteria" is an informative annex to describe with logic examples the originating and terminating filter criteria for the IMS to support the PoC functionality.

Appendix C: "Documentation of SIP, SDP and XML extensions" is an informative annex to describe the needed extensions in SIP, SDP and XML.  


Appendix D: "Examples of Signalling Flows" is an informative annex to describe some of the signaling flows. 


Appendix E: "The parameters to be provisioned for PoC service" is a normative annex for PoC provisioning parameters.

Appendix F: "Static conformance requirements (SCR)" is an informative annex containing tables of mandatory and optional features.


5. Common procedures


5.1 General


All Control Plane signalling requests and responses between PoC Client and PoC Server, as well as between PoC Servers, SHALL route via the SIP/IP Core as specified in [OMA-PoC-AD].  When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, then the SIP routing procedures are specified in [TS24.229] /[3GPP2 X.S0013.4]. 


5.2 Authenticated Originator's PoC Address


The Authenticated Originator's PoC Address is the PoC Address of the originating PoC Client that has been authenticated by the SIP/IP Core. When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, then the Authenticated Originator's PoC Address is contained in the P-Asserted-Identity header according to rules and procedures of [RFC 3325]. The From header MAY be used to carry the Authenticated Originator's PoC Address, and MAY be supported by the PoC Server. The PoC Server MAY be able to support an Authenticated Originator's PoC Address in the From header if the PoC Server has transitive trust with the SIP/IP Core, and if the SIP/IP Core is able to perform proxy authentication of the PoC Client.

If the PoC Server cannot obtain an Authenticated Originator's PoC Address for an initial request it SHALL reject the request with a SIP 403 "Forbidden" response. 


5.3 Signaling compression


If the SIP/IP Core supports SIP signaling compression, the SIP/IP Core SHALL support SIGCOMP, as specified in [RFC 3320], [RFC 3485] and [RFC 3486].

The PoC Client SHOULD compress the SIP signaling according to rules and procedures of [RFC 3320], [RFC 3485] and [RFC 3486] to reduce the transmission delays.


If the PoC Client initiate the signaling compression according to rules and procedures of [RFC 3320], [RFC 3485] and [RFC 3486], then the SIP/IP Core SHALL compress the SIP signaling according to rules and procedures of [RFC 3320], [RFC 3485] and [RFC 3486].    


The PoC Client and the SIP/IP Core MAY support stateful compression like dynamic compression, User Specific Dictionaries (USD) or other SigComp extended operations to improve the compression efficiency and to further reduce transmission delays (a definition of dynamic compression, USD and a description of other SigComp extended operations is specified in [RFC 3321]).


NOTE: 
Dynamic compression and USD can be implemented without using the extended operations mechanisms of [RFC 3321], which is referenced here in the interest of thoroughness. 




6. Procedures at the PoC Client


6.1 PoC Client originating procedures


6.1.1 PoC service registration


6.1.1.1 General


The PoC Client SHALL register, re-register and de-register to the SIP/IP Core according to rules and procedures of [RFC3261] with the clarifications in the following subclauses.


The PoC Client


· 1. SHALL include the PoC feature-tag '+g.poc.talkburst' in the Contact header;

· 2. SHALL include the PoC feature-tag '+g.poc.groupad' in the Contact header if the receiving of Group Advertisement messages are supported; 


· 3. SHALL include the User-Agent header to indicate the PoC release version. 


6.1.1.2 PoC service registration and re-registration


When the PoC Client sends a SIP REGISTER or SIP re-REGISTER request to the SIP/IP Core the PoC Client:


1. SHALL generate a SIP REGISTER request as specified in subclause 6.1.1.1 "General";


2. SHALL insert any necessary security parameters (e.g. Digest response) according to rules and procedures of the SIP/IP Core; 

3. SHALL send the SIP REGISTER request towards the SIP/IP Core according to rules and procedures of the SIP/IP Core.


Each time the PoC Client has successfully performed an initial registration the PoC Client SHALL publish the PoC service settings as specified in subclause 6.1.2 "PoC service settings procedure".


NOTE 1: 
The SIP/IP Core may challenge and authenticate the SIP REGISTER request requiring the resending of the SIP REGISTER request with authentication credentials.


NOTE 2:
Periodical application level re-registration is initiated by the PoC Client to refresh an existing registration based on the re-registration requirements of the SIP/IP Core.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS the PoC Client SHALL use 3GPP/3GPP2 IMS registration mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


6.1.1.3 PoC service de-registration


The PoC Client MAY deregister for the PoC service by either:

· If the terminal needs to remain SIP/IP Core registered the PoC Client SHALL reregister with the SIP/IP Core without including the PoC feature-tag  '+g.poc.talkburst' and the feature-tag ‘+g.poc.groupad'; or


· If the terminal also needs to deregister from the SIP/IP Core, the PoC Client SHALL send a SIP REGISTER request with an Expires header set to 0.

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS the PoC Client SHALL use 3GPP/3GPP2 IMS registration mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


6.1.2 PoC service settings procedure


To set or update the PoC service settings, the PoC Client:


· 1. SHALL generate a SIP PUBLISH request according to rules and procedures of [RFC3903] and [draft-poc-isb-am];


· 2. SHALL set the Request-URI of the SIP PUBLISH request to the PoC Address of the PoC User;

· 3. SHALL include an Accept-Contact header with the PoC feature-tag '+g.poc.talkburst' along with ‘require’ and ‘explicit’ parameters according to rules and procedures of  [RFC 3841]; and,

· 4. SHALL send the SIP PUBLISH request according to  rules and procedures of SIP/IP Core.


On receiving the SIP 200 "OK" response to the SIP PUBLISH request the PoC Client MAY indicate to the PoC User the successful communication of the PoC service settings to the PoC Server. 

The PoC client SHALL update the PoC service settings according to rules and procedures of [RFC3903] and [draft-poc-isb-am]. 


NOTE: 
It needs to be studied whether a single PoC Address can be used with more than one PoC Client.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of [TS 24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


6.1.3 PoC Session initiation


6.1.3.1 General


The PoC Client SHALL generate an initial SIP INVITE request according to rules and procedures of  [RFC3261].  The PoC Client


· 1. SHALL include an Accept-Contact header with the PoC feature-tag '+g.poc.talkburst' along with ‘require’ and ‘explicit’ parameters according to rules and procedures of  [RFC3841] in all initial SIP INVITE requests; 


· 2. SHALL include a User-Agent header to indicate the PoC release version;

· 3. SHALL include value ''id'' in a Privacy header if anonymity is requested according to rules and procedures of [RFC3325];

NOTE 1:
If anonymity is not allowed for the PoC Group indicated with the Request-URI of the SIP INVITE based on rules specified in the [POC XDM Specification] the PoC Session will not be allowed by the PoC Server hosting the PoC Group. 


· 4. SHALL include the PoC feature-tag '+g.poc.talkburst' in the Contact header.; 


· 5. SHALL include the option tag 'timer' in the Supported header;

· 6. SHOULD include an Allow header with all supported SIP methods; 


· 7. SHOULD include the Session-Expires header with the refresher parameter set to ''uac'' according to rules and procedures of [draft-ietf-sip-session-timer].

NOTE 2:
The use of the option tag 'precondition', as specified in [RFC3312], and the option tag '100rel', specified in [RFC3262], is not defined for POC-1 reference point.


On receipt of a final response to the SIP INVITE request, the PoC Client SHALL store the list of SIP methods that the PoC Server supports if received in the Allow header.

On receipt of the SIP 200 "OK" response to the initial SIP INVITE request the PoC Client SHALL start the SIP Session timer using the value received in the Session-Expires header according to rules and procedures of [draft-ietf-sip-session-timer].


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS Session establishment mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


6.1.3.2 Using Pre-established Session


6.1.3.2.1 PoC Client initiates a Pre-established Session


When the PoC Client initiates a Pre-established Session the PoC Client:

· 1.  SHALL generate an initial SIP INVITE request as specified in subclause 6.1.3.1 "General";

· 2.  SHALL set the Request-URI of the SIP INVITE request to the Conference-factory-URI for the PoC service in the Home PoC Network of the PoC User;


· 3.  SHALL include a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] as follows; 


a)    set the IP address and the port number for the RTP Session; 


b)    include the set of codecs supported by the PoC Client for the PoC Service:

c)   if another IP address or port number is used instead of the default IP address and port number specified by [RFC3550], set the IP address and port number to be used for RTCP at the PoC Client according to rules and procedures of  [RFC3605];


d) the offered Talk Burst Control Protocol(s), Talk Burst "parameter(s)" and the port number(s) for the Talk Burst Control Protocol; 


e) if the PoC Client is not able/willing to receive media streams immediately then the PoC Client SHALL set the media to 'inactive' as specified in [RFC3108] when generating the SDP offer;


· 4.  SHALL send the SIP INVITE request towards the PoC Server according to rules and procedures of the SIP/IP Core. 


Upon receiving a SIP 200 "OK" response to the SIP INVITE request the PoC Client: 


· 1.  SHALL store the content of the received Contact header as the PoC Session Identity;

· 2.  SHALL interact with the User Plane as specified in [OMA-PoC-UP] "PoC Client procedure at Pre-established Session initialization".


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS Session establishment mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

6.1.3.2.2 PoC Client initiates an Ad-hoc PoC Group Session and 1-1 PoC Session


Upon receiving a request from a PoC User to establish an Ad-hoc PoC Group Session or 1-1 PoC Session within a Pre-established Session the PoC Client:


· 1. SHALL generate a SIP REFER request according to rules and procedures of [RFC3515];


· 2. SHALL set the Request-URI of the SIP REFER request to the PoC Session Identity of the Pre-established Session;


· 3. SHALL  in case of a 1-1 PoC Session set the Refer-To header of the SIP REFER request to the PoC Address of the invited PoC User according to rules and procedures of [RFC3515]; 


· 4. SHALL in case of Ad-hoc PoC Group Session modify the SIP REFER request according to rules and procedures of  [draft-multiple-refer] with the following clarifications:


a) include in the Refer-To header of the SIP REFER request the identity of the URI-list with the Invited PoC Users; 


b) include a MIME resource-lists body according to rules and procedures of [draft-multiple-refer] with the list of the Invited PoC Users.



· 

· 5. SHALL include value "id" in the Privacy header if anonymity is requested according to rules and procedures of [RFC3323] and [RFC3325];


· 6. SHALL in case the PoC User has requested Manual Answer Override include in the SIP REFER request a P-Alerting-Mode header with the value "MAO" according to rules and procedures of  [draft-poc-p-headers]; 


· 7. SHALL send the SIP REFER request towards the PoC Server within the SIP dialog of the Pre-established Session according to rules and procedures of the SIP/IP Core. 


Upon receiving a SIP 202 "Accepted" response to the SIP REFER request the PoC Client SHALL interact with User Plane as specified in [OMA-PoC-UP] "PoC Client procedures at PoC Session initialization".  

Upon receiving an incoming SIP NOTIFY request that is part of the same dialog as the previously sent SIP REFER request the PoC Client:


· 1. SHALL handle the request according to rules and procedures of [RFC3515];


· 2. MAY display information to the PoC User based on the information in the SIP NOTIFY body.

NOTE:
The PoC Server does not send any SIP NOTIFY request in case more than one PoC User is invited.


In addition to this, the PoC Client MAY subscribe to the Conference State Event Package as specified in subclause 6.1.10 "PoC Client subscription to the Conference State Event Package".


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


6.1.3.2.3 PoC Client initiates a Pre-arranged or Chat PoC Group Session


Upon receiving a request from a PoC User to establish a Pre-arranged or Chat PoC Group Session within the Pre-established Session the PoC Client:


· 1. SHALL generate a SIP REFER request according to rules and procedures of [RFC3515];


· 2. SHALL set the Request URI of the SIP REFER request to the PoC Session Identity of the Pre-established Session;


· 3. SHALL set the Refer-To header of the SIP REFER request to the URI of the Pre-arranged PoC Group or Chat PoC Group according to rules and procedures of [RFC3515] and include Session Type uri-parameter set to "pre-arranged" or "chat", respectively as specified in C.5.1 "Session Type uri-parameter";

· 4. SHALL include the "method" parameter with the value "INVITE" in the Refer-To header;




· 5. SHALL in case the PoC User has requested Manual Answer Override include in the SIP REFER request a P-Alerting-Mode header with the value "MAO" according to rules and procedures of  [draft-poc-p-headers];

· 6. SHALL include value "id" in the Privacy header if anonymity is requested according to rules and procedures of [RFC3323] and [RFC3325];

· 7. SHALL send the SIP REFER request towards the PoC Server within the SIP dialog of the Pre-established Session according to rules and procedures of the SIP/IP Core.

Upon receiving a SIP 202 "Accepted" response to the SIP REFER request the PoC Client SHALL interact with User Plane as specified in [OMA-POC-UP] "PoC Client procedures at PoC Session initialization".

Upon receiving an incoming SIP NOTIFY request that is part of the same dialog as the previously sent SIP REFER request the PoC Client:


· 1. SHALL handle the request according to rules and procedures of [RFC3515];


· 2. MAY display information to the PoC User based on the information in the SIP NOTIFY body.

In addition to this, the PoC Client MAY subscribe to the Conference State Event Package as specified in subclause 6.1.10 "PoC Client subscription to the Conference State Event Package".


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms  according to rules and procedures of [TS 24.229] / [3GPP2 X.PS0013.4] with the clarifications given in this subclause.


6.1.3.2.4 PoC Client terminates a Pre-established Session


When a PoC Client needs to release a Pre-established Session as created in subclause 6.1.3.2.1"PoC Client initiates a Pre-established Session",  the PoC Client:

· 1. SHALL generate a SIP BYE request within the Pre-established Session according to rules and procedures of [RFC3261];


· 2. SHALL interact with the User Plane as specified in [OMA-PoC-UP] "PoC Client procedures at Pre-established Session release";


· 3. SHALL set the Request-URI of the SIP BYE request to the PoC Session Identity of the Pre-established Session;


· 

· 4. SHALL send the SIP BYE request towards the PoC Server according to rules and procedures of the SIP/IP Core.  


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this sub-clause.


6.1.3.3 Establishment of an On-demand PoC Session 


Editor’s Note:  Is session parameter not used in the case of on-demand sessions ?


6.1.3.3.1 PoC Client initiates an Ad-hoc PoC Group Session and 1-1 PoC Session


Upon receiving a request from a PoC User to establish an Ad-hoc PoC Group Session or a 1-1 PoC Session the PoC Client:


· 1. SHALL generate an initial SIP INVITE request as specified in subclause 6.1.3.1 "General";


· 2. SHALL set the Request-URI of the SIP INVITE request to the Conference-factory-URI for the PoC service in the Home PoC Network of the PoC User;

· 3. SHALL insert in the SIP INVITE request a Content-Type header with multipart/mixed as specified in [RFC2046];

· 4. SHALL include in the SIP INVITE request a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] as follows:


a) set the IP address and port number for the RTP Session;

b) include the set of codecs supported by the PoC Client for the PoC service;

c) if another IP address or port number is used instead of the default IP address and port number specified by the [RFC3550], set the IP address and port number to be used for RTCP at the PoC Client according to rules and procedures of  [RFC3605]; and,


d) the offered Talk Burst Control Protocol(s), Talk Burst "parameter(s)" and the port number(s) for the Talk Burst Control Protocol; 

· 5. SHALL insert in the SIP INVITE request a MIME resource-lists body with the PoC Address(es) of the Invited PoC User(s) according to rules and procedures of [draft-URI-list];

·  6.  SHALL in case the PoC User has requested Manual Answer Override include in the SIP INVITE request a P-Alerting-Mode header with the value "MAO" according to rules and procedures of  [draft-poc-p-headers]; 

· 7. SHALL send the SIP INVITE request towards the PoC Server according to rules and  procedures of the SIP/IP Core.


On receiving a SIP 180 "Ringing" response to the SIP INVITE request the PoC Client MAY indicate the progress of the PoC Session establishment to the Inviting PoC User.


On receiving a SIP 200 "OK" response to the SIP INVITE request the PoC Client: 


· 1. SHALL store the content of the received Contact header as the PoC Session Identity; and,

· 2. SHALL interact with the User Plane as specified in [OMA-PoC-UP] "PoC Client procedures at PoC Session initialization". 


In addition to this, the PoC Client MAY subscribe to the Conference State Event Package as specified in subclause 6.1.10 "PoC Client subscription to the Conference State Event Package".


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS Session establishment mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause. 


6.1.3.3.2 PoC Client initiates a Pre-arranged PoC Group Session 


Upon receiving a request from a PoC User to establish a Pre-arranged PoC Group Session with a PoC Group Identity, identifying the Pre-arranged PoC Group the PoC Client: 


· 1. SHALL generate an initial SIP INVITE request as specified in subclause 6.1.3.1 "General"; 


· 2. SHALL set the Request-URI of the SIP INVITE request to the PoC Group Identity identifying the Pre-arranged PoC Group;


· 3. SHALL include in the SIP INVITE request a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] as follows:

a) set the IP address and port number for the RTP Session;

b) include the set of codecs supported by the PoC Client for the PoC service;

c) if another IP address or port number is used instead of the default IP address and port number specified by the [RFC3550], set the IP address and port number to be used for RTCP at the PoC Client according to rules and procedures of  [RFC3605]; 


d) the offered Talk Burst Control Protocol(s), Talk Burst "parameter(s)" and the port number(s) for the Talk Burst Control Protocol.

· 4. SHALL in case the PoC User has requested Manual Answer Override include in the SIP INVITE request a P-Alerting-Mode header with the value "MAO" according to rules and procedures of  [draft-poc-p-headers];

· 5.  SHALL send the SIP INVITE request towards the PoC Server according to rules and procedures of the SIP/IP Core.


On receiving a SIP 180 "Ringing" response to the SIP INVITE request the PoC Client MAY indicate the progress of the PoC Session establishment to the Inviting PoC User.


On receiving a SIP 200 "OK" response to the SIP INVITE request, the PoC Client:


· 1. SHALL store the content of the received Contact header as the PoC Session Identity; 

· 2. SHALL interact with the User Plane as specified in [OMA-PoC-UP] "PoC Client procedures at PoC Session initialization". 


In addition to this, the PoC Client MAY subscribe to the Conference State Event Package as specified in subclause 6.1.10 "PoC Client Subscription to the Conference State Event Package".


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS Session establishment mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause. 


6.1.3.3.3 PoC Client initiates a Chat PoC Group Session 


Upon receiving a request from a PoC User to join to a Chat PoC Group Session with a PoC Group Identity identifying the Chat PoC Group the PoC Client: 


· 1. SHALL generate an initial SIP INVITE request as specified in subclause 6.1.3.1 "General"; 


· 2. SHALL set the Request-URI of the SIP INVITE request to the PoC Group Identity identifying the Chat PoC Group; 


· 3. SHALL include in the SIP INVITE request a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] as follows:

a) set the IP address and port number for the RTP Session;

b) include the set of codecs supported by the PoC Client for the PoC service;

c) if another IP address or port number is used instead of the default IP address and port number specified by the [RFC3550], set the IP address and port number to be used for RTCP at the PoC Client according to rules and procedures of  [RFC3605];

d) the offered Talk Burst Control Protocol(s), Talk Burst "parameter(s)" and the port number(s) for the Talk Burst Control Protocol.

· 4. SHALL send the SIP INVITE request towards the PoC Server according to rules and procedure of the SIP/IP Core. 


On receiving a SIP 200 "OK" response to the SIP INVITE request, the PoC Client:


· 1. SHALL store the content of the received Contact header as the PoC Session Identity; and, 


· 2. SHALL interact with the User Plane as specified in [OMA-PoC-UP] "PoC Client procedures at PoC Session initialization". 


In addition to this, the PoC Client MAY subscribe to the Conference State Event Package as specified in subclause 6.1.10 "PoC Client subscription to the Conference State Event Package".


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS Session establishment mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

6.1.4 PoC Client PoC Session modification


6.1.4.1 General


The PoC Client SHALL generate either a SIP UPDATE request according to rules and procedures of [RFC3311] or a SIP re-INVITE request according to rules and procedures of  [RFC3261]. A SIP UPDATE request MAY be used only if the PoC Server has indicated support for the SIP UPDATE method.


The PoC Client:

· 1. SHALL include User-Agent header to indicate the PoC release version. 


NOTE:
The use of the option tag 'precondition', as specified in [RFC3312], and the option tag '100rel', as specified in [RFC3262], is not defined for the POC-1 reference point.

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS Session mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


6.1.4.2 PoC Client placing media on hold


This subclause describes the optional procedures that the PoC Client SHALL use if placing a media component on hold.


When the PoC User wants to set a media component on hold the PoC Client:


· 1. SHALL generate a new media capability SDP offer using a SIP UPDATE request or a SIP re-INVITE request as specified in subclause 6.1.4.1 "General";


· 2. SHALL include in the SIP request a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] with the modified capabilities;

· 3. SHALL include an "a=sendonly" attribute for a media component which is placed on hold;

· 4. SHALL send the SIP request towards the PoC Server according to rules and procedures of the SIP/IP Core.

On receipt of the SIP 200 "OK" response the PoC Client SHALL interact with the User Plane as specified in [OMA-PoC-UP] "Media on Hold" and start to use the media capabilities received in the MIME SDP body.


If a SIP 200 "OK" response is not received the PoC Client SHALL continue to use the previously agreed media capabilities.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS session mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


6.1.4.3 PoC Client placing media off hold

This subclause describes the procedures that the PoC Client SHALL use when activating a media component again, when media is on hold.

When the PoC User wants to activate a media component, the PoC Client: 


· 1. SHALL generate a new media capability SDP offer using a SIP UPDATE request or a SIP re-INVITE request  as specified in subclause 6.1.4.1 "General";


· 2. SHALL include in the SIP request a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] with the modified capabilities;

· 3. SHALL include an "a=sendrecv" attribute for a media component which is activated again;

· 4. SHALL send the SIP request towards the PoC Server according to rules and  procedures of the SIP/IP Core.

On receipt of the SIP 200 "OK" response the PoC Client SHALL interact with the User Plane as specified in [OMA-PoC-UP] "Media on Hold" and start to use the media capabilities received in the MIME SDP body.


If a SIP 200 "OK" response is not received the PoC Client SHALL continue to use the previously agreed media capabilities.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS session mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


6.1.4.4 User Plane adaption


This subclause describes the optional procedures that the PoC Client SHALL use when initiating User Plane adaption during an ongoing PoC Session.


When initiating User Plane adaptation the PoC Client: 


· 1. SHALL generate a new media capability SDP offer using a SIP UPDATE request or a SIP re-INVITE request as specified in subclause 6.1.4.1 "General";


· 2. SHALL set the Request-URI of the request to the PoC Session Identity;

· 3. SHALL include in the SIP request a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] with the modified Media Parameters;

· 4. SHALL send the SIP request towards the PoC Server according to rules and  procedures of the SIP/IP Core.

On receipt of the SIP 200 "OK" response the PoC Client SHALL interact with the User Plane as specified in [OMA-PoC-UP] "User Plane adaptation" and start to use the Media Parameters received in the MIME SDP body.


If a SIP 200 "OK" response is not received the PoC Client SHALL continue to use the previously agreed media capabilities.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS Session mechanisms according to rules and procedures of   [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


6.1.4.5 SIP Session refresh


Prior to the expiry of the SIP Session timer the PoC Client:


· 1. SHALL generate either a SIP UPDATE request or a SIP re-INVITE request. A SIP UPDATE request MAY be used only if the PoC Server has indicated support for the SIP UPDATE method;


· 2. SHOULD include the Session-Expires header with the refresher parameter set to 'uac' according to rules and procedures of [draft-ietf-sip-session-timer];

· 3. SHALL include the Supported header set to "timer";

· 4. SHALL send the SIP request towards the PoC Server according to rules and procedures of the SIP/IP Core.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS Session refresh mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause. 

6.1.5 PoC Client rejoining a PoC Session 


6.1.5.1 On-demand PoC Session establishment


Upon receiving a request from a PoC User to re-join a PoC Session the PoC Client:


· 1. SHALL generate an initial SIP INVITE request as specified in subclause 6.1.3.1 "General";


· 2. SHALL set the Request-URI to the PoC Session Identity;

· 3. SHALL include a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] as follows:


a) Set the IP address and port number for the RTP Session;

b) Include the set of codecs supported by the PoC Client for the PoC service; 


c) If another IP address or port number is used instead of the default IP address and port number specified by the [RFC3550], set the IP address and port number to be used for RTCP at the PoC Client according to rules and procedures of  [RFC3605];

d) The offered Talk Burst Control Protocol(s), Talk Burst "parameter(s)" and the port number(s) for the Talk Burst Control Protocol..


· 4. SHALL send the SIP  INVITE request towards the PoC Server according to rules and  procedures of the SIP/IP Core.


On receiving a SIP 200 "OK" response to the SIP INVITE request the PoC Client SHALL interact with the User Plane as specified in [OMA-PoC-UP] "PoC Client procedures at PoC Session initialization". 


In addition to this, the PoC Client MAY subscribe to the Conference State Event Package as specified in subclause 6.1.10 "PoC Client subscription to the Conference State Event Package".


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS Session establishment mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

6.1.5.2 Pre-established Session


Upon receiving a request from a PoC User to re-join a PoC Session within a Pre-established Session established as specified in subclause 6.1.3.2.1 "PoC Client initiates a Pre-established Session", the PoC Client:


· 1. SHALL generate a SIP REFER request according to rules and procedures of [RFC3515];

· 2. SHALL set the Request-URI of the SIP REFER request to the PoC Session Identity of the Pre-established Session;


· 3. SHALL set the Refer-To header of the SIP REFER request to the PoC Session Identity to be re-joined with including the Session Type uri-parameter indicating the session type e.g. "pre-arranged", "chat" or "ad-hoc" as defined in C.5.1 "Session Type uri-parameter"; 


· 4. SHALL include the "method" parameter with the value "INVITE" in the Refer-To header;


· 5. SHALL include value "id" in the Privacy header if anonymity is requested according to rules and procedures of [RFC3323] and [RFC3325];

· 

· 6. SHALL send the SIP REFER request towards the PoC Server via SIP/IP Core within the SIP dialog of the Pre-established Session according to rules and procedures of the SIP/IP Core.


Upon receiving a SIP 2xx response to the SIP REFER request the PoC Client SHALL interact with User Plane as specified in the [OMA-POC-UP] "PoC Client procedures at PoC Session initialization".  

Upon receiving an incoming SIP NOTIFY request that is part of the same dialog as the previously sent SIP REFER request the PoC Client SHALL handle the request according to rules and procedures of [RFC3515]. The PoC Client MAY display information to the PoC User based on the information in the SIP NOTIFY body.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


6.1.6 PoC Client leaving a PoC Session 


6.1.6.1 Leaving a PoC Session - On-demand Session case


When the Participant wants to leave the PoC Session and the PoC Session was established using On-demand signaling as specified in subclause 6.1.3.3 "Establishment of an On-demand Session", the PoC Client:


· 1. SHOULD release the granted permission to talk or cancel the queued Talk Burst Requests and interact with the User Plane as specified in [OMA-PoC-UP] "PoC Client procedures at PoC Session release";

· 2. SHALL generate a SIP BYE request according to rules and procedures of [RFC3261];

· 3. SHALL set the Request-URI to the PoC Session Identity of the PoC Session to leave;

· 4. SHALL send a SIP BYE request towards PoC Server according to rules and procedures of SIP/IP Core.  


Upon receiving a SIP 200 "OK" response to the SIP BYE request, the PoC Client SHALL interact with the User Plane as specified in [OMA-PoC-UP] "PoC Client procedures at PoC Session release".


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [ TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

6.1.6.2 Leaving a PoC Session – Pre-established Session case 


Upon receiving a request from a PoC User to leave a PoC Session, the PoC Client:  

· 1. SHALL generate a SIP REFER request according to rules and procedures of [RFC3515] and [RFC3265];


· 2. SHALL set the Request-URI of the SIP REFER request to the PoC Session Identity of the Pre-established Session;

· 3. SHALL set the Refer-To header of the SIP REFER request to the PoC Session Identity to leave;


· 4. SHALL include the "method" parameter with the value "BYE" in the Refer-To header;


· 5. SHALL include value "id" in the Privacy header if anonymity is requested according to rules and procedures of [RFC3323] and [RFC3325];

· 6. SHALL send the SIP REFER request towards the PoC Server via SIP/IP Core within the SIP dialog of the Pre-established Session according to rules and procedures of the SIP/IP Core..  


Upon receiving response(s) to the SIP REFER request, the PoC Client SHALL handle them according to rules and procedures of [RFC3515].


Upon receiving an incoming SIP NOTIFY request that is part of the same dialog as the previously sent SIP REFER request the PoC Client:


· 1. SHALL handle the request according to rules and procedures of [RFC3515];


· 2. MAY display information to the PoC User based on the information in the SIP NOTIFY body. 


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


6.1.7 PoC Client adding PoC User(s) to a PoC Session


Upon receiving a request from the PoC User to add one or more PoC Users to an ongoing PoC Session, the PoC Client:


· 1. SHALL generate a SIP REFER request according to rules and procedures of [draft-multiple-refer] or [RFC3515];

· 2.  SHALL set the Request-URI of the SIP REFER request to the PoC Session Identity of an ongoing PoC Session; 


· 3. SHALL, if only one PoC User is invited, set the Refer-To header of the SIP REFER request to the PoC Address of the invited PoC User, and skip the next step;


· 4. SHALL modify the SIP REFER request according to rules and procedures of  [draft-multiple-refer] and the PoC Server:


a) SHALL include a Refer-To header with the identity of a URI-list according to rules and procedures of [draft-multiple-refer];


b) SHALL include a MIME resource-lists body with the list of the PoC Users to be added according to rules and procedures of [draft-multiple-refer];


· 5. MAY include in the Require header the option-tag "norefersub" according to rules and procedures of [draft-multiple-refer];


· 6.  SHALL include the "method" parameter with the value "INVITE" in the Refer-To header;

· 7. SHALL include value "id"  in a Privacy header if anonymity is requested according to rules and procedures of [RFC3323] and [RFC3325]; 


NOTE 1:
If anonymity is not allowed for the PoC Group indicated with the Request-URI of the SIP INVITE based on rules specified in the [POC XDM Specification] the PoC Session will not be allowed by the PoC Server hosting the PoC Group. 


· 8. SHALL include a P-Alerting-Mode header with the value "MAO" according to rules and procedures of  [draft-poc -p-headers] if the PoC User has requested Manual Answer Override; 


· 9.  SHALL send the SIP REFER request towards the SIP/IP Core according to rules and procedures of the SIP/IP Core. 


Upon receiving an incoming SIP NOTIFY request that is part of the same dialog as the previously sent SIP REFER request the PoC Client:


· 1. SHALL handle the request according to rules and procedures of [RFC3515];


· 2. MAY display information to the PoC User based on the information in the SIP NOTIFY body.

NOTE 2:
The PoC Server does not send any SIP NOTIFY request in case more than one PoC User is invited or if the PoC Client inserted the option tag "norefersub" in the Require header when only one PoC User is invited.

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause. 

6.1.8 PoC Client sending an Instant Personal Alert 


Upon a request from a PoC User to send an Instant Personal Alert with a PoC Address identifying the receiving PoC Client, the PoC Client: 


· 1. SHALL generate a SIP MESSAGE request according to  rules and procedures of [RFC3428];


· 2. SHALL include Request-URI with the PoC Address of the PoC User to be alerted;


· 3. SHALL include an Accept-Contact header with the PoC feature-tag, '+g.poc.talkburst' along with ‘require’ and ‘explicit’ parameters according to rules and procedures of [RFC3841];


NOTE 1:
 It has not been determined whether anything needs to be added about the value of the content-type.

· 4. SHALL send the SIP MESSAGE request towards the PoC Server according to rules and procedures of the SIP/IP Core.


NOTE 2: 
Privacy cannot be applied with the Instant Personal Alert. If anonymity is required by the sending PoC User then the Instant Personal Alert should not be sent. 


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms, according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


6.1.9 PoC Client sending a Group Advertisement


Upon a request from a PoC User to send a Group Advertisement, the PoC Client: 


· 1. SHALL generate a SIP MESSAGE request according to  rules and procedures of  [RFC3428]; 


· 2. SHALL include an Accept-Contact header with the PoC feature-tag '+g.poc.groupad' along with ‘require’ and ‘explicit’ parameters according to rules and procedures of [RFC 3841];


· 3. SHALL include PoC specific content in form of application/vnd.poc.advertisement+xml indicating ‘'Group Advertisement’'. The content:

a) SHALL include the Group Address; 

b) SHALL include the group type; 

c) MAY include the Display name; and 

d) MAY optionally include text.  

NOTE 1: The exact content information is described in the Appendix C.1.1 "Group Advertisement".

· 4. SHALL set the Request-URI to a PoC Address of a PoC User, or to a PoC Group Identity identifying a Chat PoC Group or a Pre-arranged PoC Group, or to an Exploder URI with a MIME uri-list body containing a list of PoC Addresses of PoC Users according to rules and procedures of [draft-uri-list-message], based on the PoC User's selection;


· 5. SHALL send the SIP MESSAGE request towards the PoC Server according to the procedures of the SIP/IP Core.


NOTE 2:
Privacy cannot be applied with Group Advertisement. If anonymity is required by the sending PoC User Group Advertisement should not be sent.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


6.1.10 PoC Client subscription to the conference state event package 


A PoC Client MAY subscribe to the Conference State Event Package by sending a SIP SUBSCRIBE request to obtain information of the status of a PoC Session. 


The PoC Client: 

· 1. SHALL generate a SIP SUBSCRIBE request, using a new SIP-dialog, according to rules and procedures of [RFC3265] and [draft-conference-state]; 

· 2. SHALL set the Request-URI of the SIP SUBSCRIBE request to PoC Session Identity or the PoC Group Identity; 


· 3. SHALL include an Accept-Contact header with the PoC feature-tag +g.poc.talkburst along with ‘require’ and ‘explicit’ parameters according to rules and procedures of [RFC 3841];


· 4. SHALL include in the SIP SUBSCRIBE request an User-Agent header to indicate the PoC release version; 

· 5. SHALL send the SIP SUBSCRIBE request towards the PoC Server according to rules and  procedures of the SIP/IP Core.

The responses to the SIP SUBSCRIBE request SHALL be handled according to rules and procedures of [RFC3265] and [draft-conference-state], and rules and procedures of the SIP/IP Core with the clarifications given in this subclause.


Upon receiving a SIP 200 "OK" response to the SIP SUBSCRIBE request the PoC Client: 


· 1. SHALL store the content of the received Contact header as the PoC Session Identity for the PoC Group Session.


Upon receiving an incoming SIP NOTIFY request that is part of the same SIP dialog as the previously sent SIP SUBSCRIBE request the PoC Client: 


· 1. SHALL handle the request according to rules and procedures of [RFC3265] and [draft-conference-state]; 

· 2. MAY display the current state information of the PoC Session or PoC Group to the PoC User based on the information in the SIP NOTIFY request body.


When needed the PoC Client SHALL terminate the subscription and indicate it terminated according to rules and procedures of [RFC3265].


The contents of the SIP NOTIFY request body is specified in subclause 7.2.1.11.2 "Generating a SIP NOTIFY request".


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


6.1.11 PoC Client canceling a PoC Session 


6.1.11.1 Canceling a PoC Session - On-demand Session case


When the PoC Participant wants to cancel the PoC Session initiation when On-demand Session signaling is used as specified in subclause 6.1.3.3 " Establishment of an On-demand PoC Session"  and when the PoC Client has not yet received a final SIP response for the SIP INVITE request, the PoC Client SHALL cancel the SIP INVITE request acting as UAC according to rules and procedures of [RFC3261].


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


6.1.12 Simultaneous Session control procedures


The PoC Client MAY use Simultaneous Session control procedures if Simultaneous PoC Sessions are supported by the Home PoC Network.


6.1.12.1 PoC Client setting PoC Session priority


The PoC Client MAY set a PoC Session priority while initiating a PoC Session with a SIP INVITE request or at any time later when a valid PoC Session exists with a SIP UPDATE or SIP re-INVITE request. 


When the PoC User wants to change PoC Session priority the PoC Client:


· 1. SHALL generate a SDP offer according to rules and procedures of [RFC2327] and [RFC3264] using a SIP INVITE or SIP re-INVITE or SIP UPDATE request as specified in subclause 6.1.4.1 "General";


· 2. SHALL include a MIME SDP body with the PoC Session parameter "poc-group-scan" according to subclause C.3.1 "Talk Burst Control ProtocolMIME registration";

· 3. SHALL send the SIP request towards the PoC Server according to rules and procedures of the SIP/IP Core.

On receipt of the SIP 200 "OK" response the PoC Client:


· 1. SHALL interact with the User Plane as specified in [OMA-PoC-UP] "Simultaneous PoC Sessions".

If a SIP 200 "OK" response is not received the PoC Client SHALL continue to use the previously agreed setting. 


The PoC Client MAY indicate the PoC Session priority and PoC Session locking setting in the same SIP request.


6.1.12.2 PoC Client handling of PoC Session locking


The PoC Client MAY request to lock itself in a particular PoC Session while initiating a PoC Session with a SIP INVITE request or at any time later when a valid PoC Session exists with  a SIP UPDATE or SIP re-INVITE request. 


When the PoC User wants to change PoC Session locking state the PoC Client:


· 1. SHALL generate a SDP offer according to rules and procedures of [RFC2327] and [RFC3264] using a SIP INVITE or SIP re-INVITE or SIP UPDATE request as specified in subclause 6.1.4.1 "General";


· 2. SHALL include a MIME SDP body with the PoC Session Locking parameter "poc-lock" according to subclause C.3.1 "Talk Burst Control ProtocolMIME registration";

· 3. SHALL send the request towards the PoC Server according to rules and procedures of the SIP/IP Core.

On receipt of the SIP 200 "OK" response the PoC Client 


· 1. SHALL interact with the User Plane as specified in [OMA-PoC-UP] "Simultaneous PoC Sessions". 


If a SIP 200 "OK" response is not received the PoC Client SHALL continue to use the previously agreed setting.


NOTE 1: The PoC Session locking is automatically released when the PoC Session is ended. 


NOTE 2: Sending a TBCP Talk Burst Request message from the PoC Client in a PoC Session will cause the locking value to change to "unlocked" in any other PoC Session.


The PoC Client MAY indicate PoC Session priority and PoC Session locking setting in the same SIP request.


6.2 PoC Client release procedures


6.2.1 PoC Client invited to a PoC Session


6.2.1.1 General


On receipt of the initial SIP INVITE request the PoC Client: 


· 1. SHALL store the list of supported SIP methods if received in the Allow header;

· 2. SHALL NOT show the PoC Address of the Inviting PoC User, if Privacy header includes value 'id'. 


When generating SIP responses other than the SIP 100 "Trying" to the received SIP request the PoC Client:


· 1. SHALL generate SIP responses according to rules and procedures of [RFC3261]; 

NOTE:
The use of the option tag ‘precondition’, as specified in [RFC3312], and the option tag ‘100rel’, as specified in [RFC3262], is not defined for the POC-1 reference point.


· 2. SHALL include Server header to indicate the PoC release version.


· 3. SHALL include value 'id'  in a Privacy header if anonymity is requested by the Invited PoC User according to rules and procedures specified in [RFC3323] and [RFC3325]; 


· 4. SHALL include the Session-Expires header in the SIP 200 "OK" response to the initial SIP INVITE request with the refresher parameter set to 'uas' and start the SIP Session timer according to rules and procedures  specified in [draft-ietf-sip-session-timer] 

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS  mechanisms according to rules and procedures of [ TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


6.2.1.2 Auto-answer case


On receipt of an initial SIP INVITE request containing the P-Alerting-Mode header with the value "Auto" as specified in [draft-poc-p-headers] and the PoC Client has Auto Answer Mode the PoC Client:


· 1. SHALL accept the request and generate a SIP 200 "OK" response as specified in the subclause  6.2.1.1 "General".towards the PoC Server; 


· 2. SHALL include in a SIP 200 "OK" response a MIME SDP body as a SDP answer according to rules and procedures of [RFC3264] and [RFC2327] as follows:


a) The IP address and port number at the PoC Client for the RTP Session;


b) The codec selected from those in the SDP offer contained in the SIP INVITE request;

c) if another IP address or port shall be used instead of the default IP address and port number specified by [RFC3550], set the IP address and port number at the PoC Client to be used for RTCP  according to rules and procedures of [RFC3605];


d) The selected Talk Burst Control Protocol and the port number to be used for the Talk Burst Control Protocol.


· 3. SHALL send the SIP 200 "OK" response towards the PoC Server according to rules and procedures of the SIP/IP Core.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS Session establishment mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

6.2.1.3 Manual-answer case


On receipt of an initial SIP INVITE request containing the P-Alerting-Mode header with the value "Manual" as specified in [draft-poc-p-headers] or the PoC Client has Manual Answer Mode the PoC Client:


· 1. SHALL generate a SIP 180 'Ringing' response towards the PoC Server as specified in the subclause 6.2.1.1 "General". If the user accepts the PoC Session invitation, perform steps 2, 3, and 5. If the user declines the PoC Session invitation, perform step 4;

· 2. SHALL generate a SIP 200 "OK" response to the SIP INVITE request as specified in the subclause 6.2.1.1 "General" if the PoC User accepts the PoC Session invitation  


· 3. SHALL include a MIME SDP body as a SDP answer in the SIP 200 "OK" response according to rules and procedures of [RFC3264] and [RFC2327] as follows:


a) The IP address and port number at the PoC Client for the RTP Session;


b) The codec selected from those in the SDP offer contained in the SIP INVITE request;

c) if another IP address or port is used instead of the default IP address and port number as specified by [RFC3550], set the IP address and port number at the PoC Client to be used for RTCP  according to rules and procedures of [RFC3605];


d) The selected Talk Burst Control Protocol and the port number to be used for the Talk Burst Control Protocol.


· 4. SHALL send a SIP 480 "Temporarily Unavailable" response towards the PoC Server if the PoC User declines the PoC Session invitation or a SIP 408 "Request Timeout" response. 


· 5. SHALL send the  SIP 200 "OK" response to the PoC Server if the PoC User accepts the PoC Session invitation


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS Session establishment mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


6.2.1.4 Manual-answer override case


On receipt of an initial SIP INVITE request containing the P-Alerting-Mode header with the value "MAO" as specified in [draft-poc-p-headers] then if Manual Answer Override is supported by the PoC Client or the Answer Mode of the PoC Client is Automatic Answer then the PoC Client:

· 1. SHALL accept the request and generate a SIP 200 "OK" response as specified in the subclause 6.2.1.1 "General". 


· 2. SHALL include a MIME SDP body as a SDP answer in the SIP 200 "OK" response according to rules and procedures of [RFC3264] and [RFC2327] with the following information as follows;


a) The IP address and port number at the PoC Client for the RTP Session: 


b) The codec selected from those in the SDP offer contained in the SIP INVITE request;

c) if another IP address or port is used instead of the default IP address and port number, set the IP address and port number number as specified by [RFC3550] at the PoC Client to be used for RTCP according to rules and procedures of [RFC3605];


d) The selected Talk Burst Control Protocol and the port number to be used for the talk burst control protocol.


· 3. SHALL send the SIP 200 "OK" response towards the PoC Server according to rules and procedures of the SIP/IP Core



NOTE: 
If Manual Answer Override is not supported by the PoC Client and the Answer Mode of the PoC Client is Manual Answer then the PoC Client procedures are as the Manual-answer specified in subclause 6.2.1.3 "Manual-answer case".

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS session establishment mechanisms according to rules and procedures of [3GPP TS 24.229] / [3GPP2 X.P0013.4] with the clarifications given in this subclause.

6.2.2 PoC Client receiving a PoC Session modification request


Upon receiving a SIP UPDATE request, or a SIP re-INVITE request with a MIME SDP body including a new SDP offer as specified by [RFC3264] and [RFC2327], the PoC Client SHALL reject the request with a SIP 488 "Not Acceptable Here" response towards the PoC Server according to rules and procedures of SIP/IP core:

· 1. SHALL validate that the Media Parameters are acceptable to the PoC Client and if not,


a) select a subset of the received Media Parameters; or,


b) reject the request with a SIP 488 "Not Acceptable Here" response towards the PoC Server according to the rules and procedures of  SIP/IP core;

· 2. SHALL activate new Media Parameters as specified in [OMA-PoC-UP] "User Plane adaptation";


· 3. SHALL generate a SIP 200 "OK" as specified in the subclause 6.2.1.1 "General";


· 4. SHALL include the accepted Media Parameters in a MIME SDP body as the SDP answer according to rules and procedures of [RFC3264] and [RFC2327]; and,


· 5. SHALL send the SIP 200 "OK" response towards the PoC Server according to rules and procedures of SIP/IPCore 


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


6.2.3 PoC Client receiving a PoC Session release request


6.2.3.1 PoC Session release request – On-demand Session case


Upon reception of a SIP BYE request, the PoC Client: 


· 1. SHALL send SIP 200 "OK" response towards PoC Server according to rules and  procedures of the SIP/IP Core;


· 2. SHALL release User Plane resources associated with the SIP Session.

Editor's note: Specific references to chapters in [OMA-PoC-UP] is FFS

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


6.2.3.2 PoC Session release request – Pre-established Session case


Upon receiving a release request on the User Plane as specified in [OMA-PoC-UP] "PoC Session control state diagram – Pre-established Session", the PoC Client SHALL regard the PoC Session within the Pre-established Session as terminated and interact with the User Plane as specified in [OMA-PoC-UP] "PoC Client procedures at PoC Session release".


6.2.4 PoC Client receiving an Instant Personal Alert


Upon  receiving a SIP MESSAGE request containing  the PoC feature-tag '+g.poc.talkburst' in the Accept-Contact header field,  and a non-anonymous Authenticated Originator’s PoC Address, the PoC Client:


NOTE: 
It has not been determined  whether  the content-type needs to be checked.


· 1. SHALL generate a SIP 200 "OK" response according to rules and procedures of [RFC3428].


· 2. SHALL send the SIP 200 "OK" response towards the PoC Server according to rules and procedures of the SIP/IP Core.

NOTE:
The PoC Client can indicate to the PoC User that an Instant Personal Alert was received.


The PoC Client MAY use the procedures specified in subclause 6.1.4.2.2 "PoC Client initiates an Ad-hoc PoC Group Session and 1-1 PoC Session" or in subclause 6.1.4.3.1 "Ad-hoc PoC Group Session and 1-1 PoC Session setup" to initiate a 1-1 PoC Session with the PoC User identified in the Authenticated Originator’s PoC Address.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


6.2.5 PoC Client receiving a Group Advertisement


Upon receipt of a SIP MESSAGE request containing an Accept-Contact header including the PoC feature-tag '+g.poc. groupad' the PoC Client: 


· 1. SHALL send a 200 "OK" response according to rules and procedures of [RFC3428].


NOTE:
The PoC Client can act based on the received Group Advertisement e.g. by showing the advertisement to the User.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause. 


6.2.6 PoC Client receiving a PoC Session SIP CANCEL request


6.2.6.1 PoC Session SIP CANCEL request - On-demand Session case


Upon reception of a SIP CANCEL request, the PoC Client SHALL behave as UAS according to rules and procedures of [RFC3261].


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

6.2.7 Simultaneous Session control procedures


PoC Client MAY use Simultaneous Session control procedures if  Simultaneous PoC Sessions are supported by the PoC Server of the Home PoC Network. The Invited PoC Client MAY change the PoC Session priority and/or PoC Session locking during a PoC Session as specified  in subclauses 6.1.12.1 "PoC Client Setting PoC Session Priority" and 6.1.12.2 "PoC Client handling of PoC Session locking".


NOTE:
The PoC Session locking is automatically released when the PoC Session is ended.


7. Procedures at the PoC Server


7.1 Determination of PoC Server role


This subclause describes how a PoC Server determines its role on receipt of initial and stand-alone SIP requests. The behaviour in the PoC Server when receiving SIP requests within an existing SIP dialog is described under the respective PoC Server role.


Once the role is decided the role SHALL be kept until the SIP dialog is terminated, or until the stand-alone transaction is done or, in the case of a Pre-established Session, until the PoC Session is terminated.


Upon receiving an initial SIP INVITE request the PoC Server:


· 

· 1. SHALL analyze the Request-URI if it is the mobile originating trigger detection point and


a) If the SIP URI corresponds to the Conference-factory-URI of the PoC service in the network served by the PoC Server and includes a list of Users to invite the PoC Server SHALL perform the role of  the Participating PoC Function and the Controlling PoC Function and continue as specified in subclause 7.2.1.2 "Ad-hoc PoC Group and 1-1 PoC Session setup request"; or,


b) If the SIP URI corresponds to the Conference-factory-URI of the PoC service in the network served by the PoC Server but does not include a list of Users to invite the PoC Server SHALL perform the role of  Participating PoC Function and continue as specified in subclause 7.3.1.2 "Pre-established Session"; or,


c) If the SIP URI corresponds to a pre-arranged group known by the PoC Server, the PoC Server: 


i. SHALL perform the role of  Controlling PoC Function and continue as specified in subclause 7.2.1.3 "Pre-arranged PoC Group Session setup request"; or,


ii. SHALL perform the role of the Participating PoC Function and continue as specified in subclause 7.3.1.4 "PoC Session initiation on-demand".


d) If the SIP URI corresponds to a Group Identity for a PoC Session the PoC Server SHALL act as a Controlling PoC Function and


i. if the PoC Session is active continue as specified in subclause 7.2.1.4 "Rejoining PoC Session request";


ii. if a PoC Session is not longer active the PoC Server SHALL continue as specified in subclause 7.5.2 "Conference URI does not exist".


e) If the SIP URI is unknown to the PoC Server the PoC Server SHALL perform the role of  the Participating PoC Function and continue as specified  in subclause 7.3.1.4 "PoC Session initiation on-demand".


· 2. SHALL analyze the Request-URI If it is the mobile terminating trigger detection point and


a) if the SIP URI corresponds to an known pre-arranged group the PoC Server SHALL perform the role of  Controlling PoC Function and continue as specified in subclause 7.2.1.3 "Pre-arranged PoC Group Session setup request";


b) if the SIP-URI corresponds to a PoC User served by the PoC Server the PoC Server SHALL perform the role of  Participating PoC Function and continue as specified in subclause 7.3.2.2 "PoC Session invitation request"; or,


c) if the SIP URI is unknown to the PoC Server the PoC Server SHALL return a SIP 404 "Not Found" response.


Upon receiving a SIP REFER request outside an existing dialog the PoC Server SHALL return a SIP 481 "Call/Transaction Does Not Exist" response.


Upon receiving a SIP MESSAGE request containing the PoC feature-tag '+g.poc.talkburst' in the Accept-Contact header the PoC Server:


· 1. SHALL Determine if it is a mobile originating or mobile terminating trigger detection point.


a) If it is the mobile originating trigger detection point the PoC Server SHALL perform the role of  the Participating PoC Function and continue as specified in subclause 7.4.1.1 "Instant Personal Alert procedure at originating PoC Server".


b) If it is the mobile terminating trigger detection point the PoC Server SHALL perform the role of  the Participating PoC Function and continue as specified in subclause 7.4.1.2 "Instant Personal Alert procedure at terminating PoC Server".


Upon receiving a SIP MESSAGE request containing the PoC feature-tag '+g.poc.groupad' in the Accept-Contact header the PoC Server SHALL:


· TBD.


Editor’s Note:  Shall be added rules how the role is determined in the case of Group Advertisement.

Upon receiving a SIP SUBSCRIBE request outside of an existing SIP dialog the PoC Server:


· 1. SHALL analyze the SIP URI in the Request-URI and


a)iIf the SIP URI corresponds to a Group Identity identifying a  PoC Group (controlled by the PoC Server) the PoC Server SHALL perform the role of  Controlling PoC Function and continue as specified in subclause 7.2.1.11 "PoC Session Participant information Request"; or,


b) if the SIP URI does not correspond to a Group Identity identifying a PoC Group (controlled by the PoC Server) the PoC Server SHALL perform the role of the Participating PoC Function and continue as specified in subclause 7.3.1.7 "SIP Subscribe request".


7.2 Controlling PoC Function procedures


7.2.1 Request terminating at the Controlling PoC Function


7.2.1.1 General


On receipt of an initial SIP INVITE request the PoC Server 


· 1. SHALL store the supported SIP methods if received in the Allow header.


When sending SIP provisional responses with the exception of the SIP 100 "Trying" response to the SIP INVITE request the PoC Server


· 1. SHALL generate the SIP provisional response according to rules and procedures of [RFC3261];

· 2. SHALL include the Server header with the PoC release version specified in subclause C.4.1 "Release version in User-agent and Server headers".


When sending a SIP 200 "OK" response to the SIP INVITE request the PoC Server:


· 1. SHALL generate the SIP 200 "OK" response according to rules and procedures of [RFC3261];

· 2. SHOULD include an Allow header with the supported SIP methods;

· 3. SHALL include the Session-Expires header with the refresher parameter set to 'uac' and start supervising the SIP Session according to rules and procedures of [draft-ietf-sip-session-timer]; 

· 4. SHALL include in a Contact header the PoC Session Identity with the feature-tag 'isfocus' and the feature-tag '+g.poc.talkburst' and the Session-Type uri-parameter set to the type of the PoC Session.

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS Session establishment mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.2.1.2 Ad-hoc PoC Group and 1-1 PoC Session setup request


Upon receiving of an initial SIP INVITE request the PoC Server:


· 1. SHALL check whether the Conference-factory-URI is allocated and perform the actions specified in subclause 7.5.1 "Conference-factory URI does not exist" if it is not allocated;


· 2. SHALL check that the Contact header includes the feature-tag '+g.poc.talkburst' as a caller capability and if it is not included the PoC Server SHALL return a SIP 403 "Forbidden" response. Otherwise, continue with the rest of the steps;


· 3. SHALL perform the actions to verify the PoC Address and authorize the request and if it is not authorized the PoC Server SHALL return a SIP 403 "Forbidden" response. Otherwise, continue with the rest of the steps;


· 4. SHALL allocate a Group Session Identity for the PoC Session;


· 5. SHALL validate that the new Media Parameters are acceptable by the PoC Server and if not reject the request with a SIP 488 "Not Acceptable Here" response. Otherwise, continue with the rest of the steps;


· 6. SHALL invite the PoC Users listed in the MIME resource-lists body as specified in subclause 7.2.2.2 "PoC Session invitation request".


NOTE:
How the multiple invited members are conveyed in the SIP INVITE request is specified in [draft-URI-list].


Upon receiving a SIP 183 "Session Progress" response for the SIP INVITE request containing a P-Answer-State header with the value "Unconfirmed" as specified in [draft-poc-p-headers] and as specified in subclause  7.2.2.2 "PoC Session invitation request" the PoC Server:


· 1. SHALL generate 200 "OK" response as specified in the subclause 7.2.1.1 "General" and continue with the rest of the steps if unconfirmed mode is supported by the PoC Server and  the final response is not yet sent to the inviting PoC Client, otherwise do not proceed with the rest of the steps;


a) SHALL include a MIME SDP body in the SIP 200 “OK” response as a SDP answer according to rules and procedures of [RFC3264] and [RFC2327] as follows:

i. the IP address and port number at the PoC Server for the RTP Session;


ii. the selected codec; 


iii. if another IP address or port is used instead of the default IP address and port number, set the IP address and port number as specified in [RFC3550], at the PoC Server for the RTCP Session according to rules and procedures of [RFC3605];

iv. the selected Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol and optionally "tb-granted" indication as specified in C.3 "SDP Extensions".


· 2. SHALL include a P-Answer-State header with the value "Unconfirmed";


· 3. SHALL send the SIP 200 "OK" response towards the inviting PoC Client according to rules and procedures of  SIP/IP Core;


· 4. SHALL interact with User Plane as specified in [OMA-PoC-UP] "Controlling PoC Function procedures at PoC Session initialization".


Upon receiving a SIP180 "Ringing" response as specified in subclause 7.2.2.2 "PoC Session Invitation Request" the PoC Server 


· 1. SHALL generate a SIP 180 "Ringing" response to the SIP INVITE request as specified in the subclause 7.2.1.1 "General";

· 2. SHALL send the SIP 180 "Ringing" response towards the inviting PoC Client according to rules and procedures of SIP/IP Core if it is the first SIP 180 "Ringing" response and no SIP final response is not yet sent to the inviting PoC Client.


Upon receiving a SIP 200 "OK" response for the SIP INVITE request as specified in subclause 7.2.2.2 "PoC Session invitation request" the PoC Server


· 1. SHALL generate a SIP 200 "OK" response to the SIP INVITE request as specified in the subclause 7.2.1.1 "General" and continue with the rest of the steps if the SIP final response is not yet sent to the inviting PoC Client otherwise do not proceed with the rest of the steps;


· 2. SHALL include a MIME SDP body in the SIP 200 "OK" response as a SDP answer according to rules and procedures of [RFC3264] and [RFC2327] as follows:


i. the IP address and port number at the PoC Server for the RTP Session;


ii. the selected codec; 


iii. if another IP address or port is  used instead of the default IP address and port number as specified in [RFC3550], set the IP address and port number at the PoC Server for the RTCP Session according to rules and procedures of [RFC3605];

iv. the selected Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol and optionally "tb-granted" indication as specified in C.3 "SDP Extensions".


· 3. SHALL send a SIP 200 "OK" response to the Inviting PoC Client;


· 4. SHALL interact with User Plane as specified in [OMA-PoC-UP] "Controlling PoC Function procedures at PoC Session initialization".


Upon receiving a SIP final response other than 2xx or 3xx, that is one of the SIP 4xx, 5xx or 6xx responses the PoC Server: 

· 1. SHALL send the SIP final response towards the inviting PoC Client, if SIP final response was received from all the invited PoC Clients and the SIP 200 "OK" response is not yet sent.  The SIP final response SHALL include the Status-Code with the lowest value received from the Invited PoC User(s); or, 


· 2. SHALL remove inviting PoC Client from the PoC Session as specified in subclause 7.2.2.4 "Remove of PoC Participant from PoC Session", if a SIP final response other than 2xx or 3xx was received from all the invited PoC Clients and the SIP 200 "OK" response is already sent.


7.2.1.3 Pre-arranged PoC Group Session setup request


Upon receiving an initial SIP INVITE request the PoC Server:


· 1. SHALL check whether the Accept-Contact header includes the PoC feature-tag '+g.poc.talkburst' and if it is not included the PoC Server SHALL return the 403 "Forbidden" response. Otherwise, continue with the rest of the steps;


· 2. SHALL check that the Group Identity in the Request-URI identifying the Pre-arranged PoC Group is hosted at this PoC Server if it is not then perform the actions specified in subclause 7.5.2 "Conference URI does not exist";


· 3. SHALL check the presence of the "isfocus" feature parameter in the URI of the Contact header and if it is present then the PoC Server performing the Controlling PoC Function SHALL reject the request with a SIP 403 "Forbidden" response including "isfocus already assigned" text in the Warning header. Otherwise, continue with the rest of the steps;


· 4. SHALL perform the actions to verify the Authenticated Originator's PoC Address and authorize the request and if it is not authorized the PoC Server SHALL return a SIP 403 "Forbidden" response. Otherwise, continue with the rest of the steps;


· 5. SHALL check whether the Authenticated Originator's PoC Address of the joining PoC User is allowed to join by performing the actions specified in subclause 7.2.1.6 "Session joining policy". If it is not allowed to join the PoC Server performing the Controlling PoC Function SHALL respond with a SIP 403 "Forbidden" response to the originating network. Otherwise, continue with the rest of the steps;


· 6. SHALL check whether the privacy is allowed in this PoC Group, when anonymity is requested with the Privacy header containing the tag "id".  If not allowed, the PoC Server SHALL respond with a SIP 403 "Forbidden" error response to the originating network. Allowing privacy in the Group is defined using <provide-anonymity> element as specified in [POC XDM Specification].  Otherwise, continue with the rest of the steps;


· 7. SHALL validate that the Media Parameters are acceptable for the PoC Server and if not reject the request with a SIP 488 "Not Acceptable Here" response. Otherwise, continue with the rest of the steps;


· 8. if the group does not have already an active Session then the PoC Server:


a) SHALL invite members of the Pre-arranged PoC Group as specified in subclauses 7.2.1.14 "Session initiation policy" and 7.2.2.2 "PoC Session invitation request";


b) SHALL perform Talk Burst Control procedures as specified in [OMA-PoC-UP] "Controlling PoC Function procedures at PoC Session initialization".


· 9. if the group  has already an active PoC Session then PoC Server:


a). SHALL generate a SIP 200 "OK" response as specified in the 7.2.1.1 "General"; 


b). SHALL include a MIME SDP body in the SIP 200 "OK" response as the SDP answer according to rules and procedures of [RFC3264] and [RFC2327] with the following information;

i. the IP address and port number at the PoC Server for the RTP Session;


ii. the selected codec; 


iii. if another IP address or port is used instead of the default IP address and port number, set the IP address and port number as specified in [RFC3550], at the PoC Server for the RTCP Session according to rules and procedures of [RFC3605];

iv. the selected Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol.


c). SHALL perform Talk Burst Control procedures as specified in [OMA-PoC-UP] "Controlling PoC Function procedures at PoC Session initialization".


Upon receiving a SIP 183 "Session Progress" response for the SIP INVITE request containing a P-Answer-State header with the value "Unconfirmed" as specified in [draft-poc-p-headers] and as specified in subclause 7.2.2.2 "PoC Session Invitation Request" the PoC Server:


· 1. SHALL generate a SIP 200 "OK" response to SIP INVITE request as specified in the subclause 7.2.1.1 "General" and continue with the rest of the steps if unconfirmed mode is supported by the PoC Server and  the SIP final response is not yet sent to the inviting PoC Client, otherwise do not proceed with the rest of the steps;


· 2. SHALL include a MIME SDP body in the SIP 200 "OK" response as a SDP answer according to rules and procedures of [RFC3264] and [RFC2327] as follows:


i. the IP address and port number at the PoC Server for the RTP Session;


ii. the selected codec; 


iii. if another IP address or port is used instead of the default IP address and port number as specified in [RFC3550], set the IP address and port number at the PoC Server for the RTCP Session according to rules and procedures of [RFC3605];

iv. the selected Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol and optionally "tb-granted" indication as specified in C.3 "SDP Extensions".


· 3. SHALL include a P-Answer-State header with the value "Unconfirmed";


· 4. SHALL send the SIP 200 "OK" reponse towards the inviting PoC Client according to rules and procedures of SIP/IP Core;


· 5. SHALL interact with User Plane as specified in [OMA-PoC-UP] "Controlling PoC Function procedures at PoC Session initialization".


Upon receiving a SIP 180 "Ringing" response as specified in subclause 7.2.2.2 "PoC Session invitation request" and no SIP final response has been sent to the inviting PoC Client, the PoC Server: 


· 1. SHALL generate a SIP 180 "Ringing" to the SIP INVITE request response as specified in the subclause 7.2.1.1 "General";

· 2. SHALL send the SIP 180 "Ringing" response towards the inviting PoC Client if it is the first SIP 180 "Ringing" response.


Upon receiving a SIP 200 "OK" response for the SIP INVITE request as specified in subclause 7.2.2.2 "PoC Session invitation request" the PoC Server


· 1. SHALL generate SIP 200 "OK" response to the SIP INVITE request as specified in the subclause 7.2.1.1 "General" and continue with the rest of the steps if the SIP final response is not yest sent to the inviting PoC Client otherwise do not proceed with the rest of the steps;


· 2. SHALL include a MIME SDP body in the SIP 200 "OK" response as a SDP answer according to rules and procedures of [RFC3264] and [RFC2327] as folows:


i. the IP address and port number at the PoC Server for the RTP Session;


ii. the selected codec; 


iii. if another IP address or port is used instead of the default IP address and port number as specified in [RFC3550], set the IP address and port number at the PoC Server for the RTCP Session according to rules and procedures of [RFC3605];

iv. the selected Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol and optionally "tb-granted" indication as specified in C.3 "SDP Extensions".


· 3. SHALL send a SIP 200 "OK" response to the Inviting PoC Client;


· 4. SHALL interact with User Plane as specified in [OMA-PoC-UP] "Controlling PoC Function procedures at PoC Session initialization".


Upon receiving a SIP final response other than 2xx or 3xx that is one of the SIP xx, 5xx or 6xx final responses the PoC Server either: 

· 1. SHALL send the SIP final response towards the inviting PoC Client, if the SIP final response was received from all the invited PoC Clients and the SIP 200 "OK" response is not yet sent. The SIP final response SHALL include the Status-Code with the lowest value received from the Invited PoC User(s); or,


· 2. SHALL remove inviting PoC Client from the PoC Session as specified  in subclause 7.2.2.4 "Removal of PoC Participant from PoC Session", if a SIP final  response other than 2xx or 3xx was received from all the invited PoC Clients and the SIP 200 "OK" response is already sent.


7.2.1.4 Rejoining PoC Session request


Upon receipt of a SIP INVITE request that includes an identity of an active PoC Session in the Request-URI the PoC Server:


· 1. SHALL perform actions to verify the Authenticated Originator's PoC Address and authorize the request and if it is not authorized the PoC Server SHALL return a SIP 403 "Forbidden" response. Otherwise, continue with the rest of the steps;


· 2. SHALL check whether the Accept-Contact header includes the PoC feature-tag '+g.poc.talkburst' and if it is not included the PoC Server SHALL return a SIP 404 "Not Found" response. Otherwise, continue with the rest of the steps; 


· 3. SHALL check whether the Authenticated Originator's PoC Address of the joining PoC User is allowed to join by performing the actions specified in subclause 7.2.1.6 "PoC Session joining policy". If it is not allowed to join the PoC Server performing the Controlling PoC Function SHALL respond with a SIP 4xx response to the originating network. Otherwise, continue with the rest of the steps;


· 4. SHALL check whether the privacy is allowed in this Group, when anonymity is requested with the Privacy header containing the tag "id".  If not allowed, the PoC Server SHALL respond with a SIP 403 "Forbidden" error response to the originating network. Allowing privacy in the Group is defined using <provide-anonymity> element as specified in [POC XDM Specification].   Otherwise, continue with the rest of the steps;


· 5. SHALL accept the SIP request and generate  a SIP 200 "OK" response to the SIP request as specified in the subclause 7.2.1.1 "General"; 


· 6. SHALL include a MIME SDP body as a SDP answer in the SIP 200 "OK" response according to rules and procedures of [RFC3264] and [RFC2327] as follows:


a) the IP address and port number at the PoC Server for the RTP Session;


b) the selected codec; 


c) if another IP address or port is used instead of the default IP address and port number as specified in [RFC3550], set the IP address and port number at the PoC Server for the RTCP Session according to rules and procedures of [RFC3605];

d) the selected Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol.


· 7. SHALL send the SIP 200 "OK" response towards the PoC Client according to rules and procedures of SIP/IP Core;

· 8. SHALL initiate the Talk Burst Control procedures as specified in [OMA-PoC- UP] "Controlling PoC Function procedures at PoC Session initialization".


NOTE:
A notification can be sent to PoC Addresses of the PoC Group members who have subscribed to the conference state event package that a PoC Group member has joined in the PoC Group Session.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS Session establishment mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.2.1.5 Joining Chat PoC Group Session request


Upon receipt of a SIP INVITE request that includes a Group Identity, which identifies the Chat PoC Group in the request URI that is hosted in the PoC Server, the PoC Server: 


· 1. SHALL check whether the Accept-Contact header includes the PoC feature-tag '+g.poc.talkburst' and if it is not included the PoC Server SHALL reject the request with  a SIP 404 "Not Found" response. Otherwise, continue with the rest of the steps;


· 2. SHALL check whether the Group Identity is allocated and perform the actions specified in subclause 7.5.2 "Conference URI does not exist" if it is not allocated;


· 3. SHALL check the presence of the "isfocus" feature parameter in the URI of the Contact header and if it is present then the PoC Server SHALL reject the request with a SIP 403 "Forbidden" response including "isfocus already assigned" text in the Warning header. Otherwise, continue with the rest of the steps;


· 4. SHALL check whether the Authenticated Originator's PoC Address of the joining PoC User is allowed to join by performing the actions specified in subclause 7.2.1.6 "PoC Session joining policy". If it is not allowed to join the PoC Server SHALL reject the request with a SIP 403 "Forbidden" response to the originating network. Otherwise, continue with the rest of the steps;


· 5. SHALL check whether the privacy is allowed in this Group, when anonymity is requested with the Privacy header containing the tag "id".  If not allowed, the PoC Server SHALL respond with a SIP 403 "Forbidden" error response to the originating network. Allowing privacy in the Group is defined using <provide-anonymity> element as specified in [POC XDM Specification].  Otherwise, continue with the rest of the steps;


· 6. SHALL validate that the Media Parameters are acceptable for the PoC Server and if not reject the request with a SIP 488 "Not Acceptable Here" response. Otherwise, continue with the rest of the steps;


· 7. SHALL check whether the Chat PoC Group Session already exists. If it doesn't exist, the PoC Server creates a Chat PoC Group Session; 


· 8. SHALL accept the SIP request and generate with a SIP 200 "OK" response to the SIP INVITE request as specified in the subclause 7.2.1.1 "General". The SIP 200 "OK" response: 

a) SHALL include a MIME SDP body in the SIP 200 "OK" response as a SDP answer according to rules and procedures of [RFC3264] and [RFC2327] as follows:

i. the IP address and port number at the PoC Server for the RTP Session;


ii. the selected codec; 


iii. if another IP address or port is used instead of the default IP address and port number as specified in [RFC3550], set the IP address and port number at the PoC Server for the RTCP Session according to rules and procedures of [RFC3605];

iv. the selected Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol.

· 9. SHALL send the SIP 200 "OK" response towards the PoC Client according to rules and procedures of SIP/IP Core;

· 10. SHALL initiate the Talk Burst Control procedures as specified in [OMA-PoC-UP] "Controlling PoC Function procedures at PoC Session initialization";

· 11. SHALL send a notification to the PoC Addresses of the Chat PoC Group members who have subscribed conference state event package that a PoC Group member has joined in the PoC Group Session, as specified in subclause 7.2.1.11.2 "Generating a SIP NOTIFY request".

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS Session establishment mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.2.1.6 PoC Session joining policy


The PoC Server performing the Controlling PoC Function SHALL allow only those PoC Users to join in the Ad-hoc and 1-1 PoC Session that it hosts who


· have been invited in the original invitation


· have been invited during the PoC Session by the owner or by another Participant of the PoC Session


The PoC Server performing the Controlling PoC Function SHALL allow only those PoC Users to join in the Pre-arranged PoC Session that it hosts who


· are members of the Pre-arranged PoC Group i.e. authenticated originator's PoC Address of the joining user matches to the authorization rule allowing <join-handling> action as specified  in [POC XDM Specification].

The PoC Server performing the Controlling PoC Function SHALL allow only those PoC Users to join in the Chat PoC Group Session that it hosts who


· are members of the Chat PoC Group i.e. authenticated originator's PoC Address of joining User matches to the authorization rule allowing <join-handling> action as specified in [POC XDM Specification].


7.2.1.7 PoC Session modification


Upon receiving a SIP UPDATE request or a SIP re-INVITE request within an existing PoC Session including a new SDP offer as specified by [RFC3264] and [RFC2327] the PoC Server:


· 1. SHALL validate that the new Media Parameters are acceptable by the PoC Server and if not reject the request with a SIP 406 "Not Acceptable" response. Otherwise, continue with the rest of the steps;

· 2. SHALL update the User Plane with the new Media Parameters as specified in [OMA-PoC-UP] "User Plane adaptation".

· 3. SHALL generate a SIP 200 "OK" response as follows:


a) include a MIME SDP body as a SDP answer according to rules and procedures of [RFC3264] and [RFC2327] with the new Media Parameters;

b) send the SIP 200 "OK"  response to the SIP/IP Core along the signalling path.

NOTE: 
The PoC Server may determine to update the Media Parameters of the other PoC Participants according to the local policy.  The modification is specified in subclause 7.2.2.5. "PoC Session modification".

7.2.1.8 Adding PoC Participants to PoC Session request


Upon receiving a SIP REFER request with the method parameter set to "INVITE" the PoC Server: 


· 1. SHALL perform actions to verify the Authenticated Originator's PoC Address of the Inviting PoC User and authorize the request as specified in subclauses 7.2.1.14 "Session initiation policy" and 7.2.1.15 "Session adding policy" and if it is not authorized the PoC Server SHALL return a SIP 403 "Forbidden" response. Otherwise, continue with the rest of the steps;


· 2. SHALL check whether the privacy is allowed in this Group, when anonymity is requested with the Privacy header containing the tag "id".  If not allowed, the PoC Server SHALL respond with a SIP 403 "Forbidden" error response to the originating network.  Allowing privacy in the Group is defined using <provide-anonymity> element as specified in [POC XDM Specification].  Otherwise, continue with the rest of the steps;


· 3. SHALL if a P-Alerting-Mode header with the value "MAO" is present in the incoming SIP INVITE request authorize whether the Served PoC User indicated by the Authenticated Originator's PoC Address is entitled to request Manual Answer Override and if not authorized the PoC Server SHALL return a SIP 403 "Forbidden" response. Otherwise, continue with the rest of the steps;


· 4. SHALL generate a final SIP response to the SIP REFER request according to rules and procedures of [RFC3515] and send it according to rules and procedures of  SIP/IP Core;


· 5. SHALL check whether the "method" parameter is set to "INVITE" and if it is set; then the PoC Server SHALL extract the PoC Address(es) of the PoC User(s) to be invited  either:


a) from the Refer-To header according to rules and procedures of [RFC3515];


b) from the MIME resource-list body according to rules and procedures of [draft-multiple-refer]; 


· 6. SHALL for each PoC User to invite: perform the actions described in sub-clause 7.2.2.2 "PoC Session invitation request".;  and,

· 7. SHALL if only one PoC User is invited and the "norefersub" option-tag is missing in the Require header of the SIP REFER request, generate and send SIP NOTIFY request(s) as specified in this subclause based on the progress of the invitation. 

NOTE:
A SIP REFER request according to rules and procedures of [RFC3515] is an implicit subscription to event refer. A SIP REFER request according to rules and procedures of [draft-multiple-refer] is also an implicit subscription to event refer in case only one PoC User is invited and "norefersub" option-tag is missing in the Require header.


Upon receiving a SIP 406 "Not Acceptable" response with the text "isfocus already assigned" in the Warning header, the PoC Server SHALL send the PoC Client a SIP NOTIFY request containing at least a SIP response Status-Line, Warning and To headers as specified in this subclause.


When generating a SIP NOTIFY request the PoC Server: 


· 1. SHALL generate a SIP NOTIFY request according to rules and procedures of [RFC3265], [RFC3515], and rules and procedures of the SIP/IP Core;


· 2. SHALL include a MIME sipfrag body as specified in the [RFC3420] with:


a) the status line received in the final SIP response; 


b) the To header received in the final SIP response; and


c) the Warning header if it is received in the final SIP response;


d) the P-Answer-State header if it is received in the final SIP response from the Invited PoC User.


· 3. SHALL send the SIP NOTIFY request to PoC Client according to rules and procedures of the SIP/IP Core.


The responses to the SIP NOTIFY request SHALL be handled in according to rules and procedures of [RFC3265], [RFC3515], and rules and procedures of the SIP/IP Core.


The PoC Server MAY terminate the implicit subscription created by the SIP REFER request and indicate the termination to the PoC Client according to rules and procedures of [RFC3265] and [RFC3515].


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS, mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.2.1.9 Leaving PoC Session request


7.2.1.9.1 Leaving PoC Session request – On-demand Session case 


Upon receiving a SIP BYE request the PoC Server:


· 1. SHALL send a SIP 200 "OK" response towards the PoC Client according to rules and procedures of the SIP/IP Core;


· 2. SHALL release User Plane resource associated with the SIP Session towards the Participating PoC Function by interacting with the User Plane as specified in [OMA-POC-UP] "Controlling PoC Function Procedures at PoC Session release" ;


· 3. SHALL check PoC Session release policy and perform for each Participant of the PoC Session  the procedures as specified in the sub-clause 7.2.2.4 "Remove of PoC Participant from the PoC Session", if needed;


· 4. SHALL send a notification to the PoC Addresses of the PoC Group members who have subscribed to the conference state event package that a PoC Group member has left the PoC Group Session, as specified in subclause 7.2.1.11.2 "Generating a SIP NOTIFY request".

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.2.1.9.2 Leaving PoC Session request – Pre-established Session case 


Upon receiving from the PoC Client a SIP REFER request with the method parameter set to value "BYE" in the Refer-To header the PoC Server:


· 1. SHALL perform the actions to verify the Authenticated Originators PoC Address of the PoC Client and authorize the request and if it is not authorized the PoC Server SHALL return a  SIP 403 "Forbidden" response;


· 2. SHALL generate a final response to the SIP REFER request according to rules and procedures of [RFC3515] and send it to the SIP/IP Core along the signalling path;


· 3. SHALL extract the identity attribute from the Refer-To header and 


a) if the identity attribute is an identity of an existing PoC Session and the originator is participating in the PoC Session  then the PoC Server: 


i. SHALL remove the owner from the PoC Session by performing the procedures specified in subclause 7.3.2.6.2 "SIP BYE request – Pre-established Session case";


ii. SHALL check the PoC Session release policy as specified in subclause 7.2.1.16 "Session Release Policy" and perform for each Participant of the PoC Session  (except for the owner of the Pre-established Session) the procedures specified in subclause 7.2.2.4 "Removal of PoC Participant from the PoC Session", if needed;


iii. SHALL send a notification of the current state of the PoC Session to the PoC Address of the PoC Group members who have subscribed conference state event package, as specified in subclause 7.2.1.11.2 "Generating a SIP NOTIFY request";

iv. SHALL check the subscription termination policy as specified in subclause 7.2.1.11.3 "Termination of subscription" and for each PoC Address of the PoC Group members (except the owner of the Pre-established Session) terminate the existing subscription to the conference state event package, if needed;


b) if the identity attribute is not an identity of an existing PoC Session or the originator is not participating in the PoC Session  then the PoC Server:


i. SHALL return a SIP 403 "Forbidden" response.


· 4. SHALL send SIP NOTIFY request(s) concerning the SIP REFER request according to rules and procedures of [RFC3515].

Upon receiving a SIP BYE request within a Pre-established Session the PoC Server:


· 1. SHALL perform for every Participant of the PoC Session (except for the owner of the Pre-established Session) the procedures as specified in subclause 7.2.2.4 "Remove of PoC Participant from the PoC Session":


· 2. SHALL remove the owner from the PoC Session by performing the procedures as specified in subclause 7.3.2.6.2 "BYE request – on pre-established case";


· 3. SHALL send a notification of the current state of the PoC Session terminating the existing subscription to the conference state event package for each PoC Address of the PoC Group members who have subscribed conference state event package, as specified in subclause 7.2.1.10 "PoC Session Participant Information Request".

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.2.1.10 Cancel of PoC Session setup request


Upon reception of a SIP CANCEL request, the PoC Server: 


· 1. SHALL act as UAS according to rules and procedures of [RFC3261];


· 2. SHALL cancel the PoC Session invitations to the other PoC Clients as specified in subclause 7.2.2.3 "Cancel of PoC Session invitation request" or subclause 7.2.2.4 "Removal of PoC Participant from PoC Session" in case of Ad-hoc PoC Session establishment and Pre-arranged PoC Group Session establishment.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

7.2.1.11 PoC Session PoC Participant information request


7.2.1.11.1 Subscribing to PoC Participant information


Upon receiving a SIP SUBSCRIBE request with the Event header according to rules and procedures of [draft-conference-state] the PoC Server:


· 1. SHALL check whether the PoC Group identified with the Group Identity in the Request-URI is hosted by the PoC Server and perform the actions specified in subclause 7.5.2 "Conference URI does not exist" if it is not hosted;


· 2. SHALL check whether the Accept-Contact header includes the PoC feature-tag '+g.poc.talkburst' and if it is not included the PoC Server SHALL return  a SIP 403 "Forbidden" response. Otherwise, continue with the rest of the steps; 


· 3. SHALL perform the actions to verify the Authenticated Originator's PoC Address and authorize the request and if it is not authorized the PoC Server SHALL return a SIP 403 "Forbidden" response. Otherwise, continue with the rest of the steps;


NOTE: 
A local policy, e.g. number of simultaneous subscriptions exceeded, may cause the PoC Server to reject the subscription request.


· 4. SHALL create a subscription to the conference state of the PoC Group identified with the Group Identity according to rules and procedures of [RFC3265] and [draft-conference-state];


· 5. SHALL generate a SIP 200 "OK" or a SIP 202 "Accepted" response to the SIP SUBSCRIBE request according to rules and procedures of  [RFC3265] [draft-conference-state]; and


· 6. SHALL set the Contact header of the SIP response to a Group Identity identifying the PoC Group;


· 7.  SHALL send SIP response towards the PoC Client according to rules and procedures of the SIP/IP Core.


· 8. SHALL generate an initial SIP NOTIFY request as specified in subclause 7.2.1.11.2 "Generating a SIP NOTIFY request";


· 9. SHALL send the SIP NOTIFY request to the PoC Client according to rules and procedure of SIP/IP Core.

When a change in the subscribed state occurs, the PoC Server SHOULD generate and send a SIP NOTIFY request as specified in subclause 7.2.1.11.2 "Generating a SIP NOTIFY request" and according to rules and procedures of SIP/IP Core respectively.

When needed the PoC Server SHALL terminate the subscription and indicate it to the PoC Client as described in the subclause 7.2.1.11.3 "Terminating the subscription".


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of [ TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.2.1.11.2  Generating a SIP NOTIFY request


The PoC Server SHALL generate a SIP NOTIFY request according to rules and procedures of [RFC3265] with the clarifications in this subclause.


The PoC Server SHOULD limit the rate of SIP NOTIFY requests sent toward a PoC Client.


The PoC Server SHOULD avoid sending a SIP NOTIFY request towards a PoC Client at the same time as a Talk Burst is sent towards the PoC Client or a Talk Burst is received from the PoC Client. 


When reporting changes in the Participant information the PoC Server SHALL use partial output according to rules and procedures of [draft-conference-state].


The PoC Server SHALLinclude a MIME conference-info+xml body according to rules and procedures of [draft-conference-state] with the following limitations:


· 1. The PoC Server SHALL include as 'entity' the Group Identity of the PoC Group.

· 2. for each PoC Participant in the PoC Session the PoC Server:


a) SHALL include in "user-type" the PoC Address of the PoC Participant as the 'uri' and the 'nick name' of the PoC Participant as "display-name" if the PoC Participant has not requested anonymity. 


b) SHALL include in "user-type" and in "display-name" an anonymous identity and 'nick name' if the PoC Participant has requested anonymity.


c) SHALL include in status-type one of the following status:


i. "connected", when the PoC Participant is added to the PoC Session; and,


ii. "disconnected", when the PoC Participant has left the PoC Session since the last SIP NOTIFY request was sent.


iii. "on-hold", when the PoC Participant has put the PoC Session on hold


NOTE 1:
The usage of other values of the status-type is not defined for PoC.


NOTE 2:
The usage of other parameters specified in [draft-conference-state] is not defined for PoC.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.2.1.11.3 Terminating the subscription


The PoC Server


· 1. SHALL terminate all subscriptions for PoC Session Participant information for the PoC Session when the PoC Session is terminated and not accept any re-subscriptions;

· 2. MAY terminate the subscription for a PoC Client when it leaves the PoC Session;

· 3. for each subscription that shall be terminated the PoC Server:


a) SHALL generate a SIP NOTIFY request according to rules and procedures specified in [RFC3265];

b) SHALL set the Subscription-State header to "terminated;noresources";

c) SHALL send the SIP NOTIFY request to the PoC Client according to rules and procedure of SIP/IP Core.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [3GPP TS 24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

7.2.1.12 Group Advertisement request


Upon receipt of a SIP MESSAGE request containing the PoC feature-tag '+g.poc.groupad' in the Accept-Contact header the PoC Server:


· 1. SHALL reject the SIP MESSAGE request with a SIP 403 "Forbidden" response if group advertisement is not supported by the PoC Server. Otherwise continue with next step.


· 2. SHALL check whether the PoC Group identified with the Group Identity in the Request-URI is hosted by the PoC Server and perform the actions specified in subclause 7.5.2 "Conference URI does not exist" if it is not hosted;


· 3. SHALL perform the actions to verify the Authenticated Originator's PoC Address and authorize the request and if it is not authorized the PoC Server SHALL return a SIP 403 "Forbidden" response.  Otherwise, continue with the rest of the steps; 


· 4. SHALL obtain the PoC Addresses of the members belonging to the PoC Group;


· 5. SHALL send the SIP MESSAGE request towards each PoC Address as specified in the subclause 7.2.2.6 "Group Advertisement request";

· 6. SHALL send a SIP 202 "Accepted" response along the signalling path towards the initiating PoC Client , if the Request-URI identifies either:


a) Chat PoC Group; or


b) Pre-arranged PoC group; or


c) c)    An Exploder URI with a MIME type body containing an URI-list of PoC Addresses of the PoC Users, as specified in [draft-uri-list-message].

NOTE: 
If a Group Advertisement is sent to a single recipient then the PoC Server shall forward the response when it receives it from the terminating PoC Client.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.2.1.13 SIP Session refresh procedure


On receipt of a SIP re-INVITE request or a SIP UPDATE request including a Session-Expires value the PoC Server:


· 1. SHALL include the Session-Expires header in a SIP 200 "OK" response to the SIP request with the refresher parameter set to 'uac' and restart the SIP Session timer according to rules and procedures of [draft-ietf-sip-session-timer].

On expiry of the SIP Session timer the PoC Server SHALL initiated disconnection of the SIP Session as specified in subclause 7.2.2.4 "Removal of PoC Participant from PoC Session".


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS session refresh mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.2.1.14 Session initiation policy




The PoC Server performing the Controlling PoC Function SHALL initiate the PoC Session according to one of the following procedures depending on whether the requesting PoC User is allowed the action "allow-initiate-conference" as specified in [PoC XDM Specification]:


· Any PoC Client is allowed to initiate the PoC Session;

· In the case of restricted group only the group member is allowed to initiate the PoC Session;

· Only the group host is allowed to initiate the PoC Session.


In case of pre-arranged PoC Group the PoC Server performing the Controlling PoC Function SHALL invite users listed in the <dialout-list> element of the PoC Group document as specified in [POC XDM Specification].


Editor’s Note: The terminology should be aligned with OMA GM specification.

7.2.1.15 Session adding policy




The PoC Server performing the Controlling PoC Function SHALL invite the PoC Clients according to the following procedures depending the Group attribute specified in [POC XDM Specification]:

· Only PoC Client, which has right to initiate a PoC Session depending the Group attribute specified in [POC XDM Specification] is allowed to add participants to the PoC Session;

· Any PoC Client is allowed to be added to the PoC Session if the requesting PoC User is allowed the action "allow-invite-user-dynamically" as specified in [PoC XDM Specification];

· Any group member is allowed to be added to the PoC Session if the action "allow-invite-user-dynamically" as specified in [PoC XDM Specification] is allowed to any group member.


7.2.1.16 Session release policy


Editor’s Note: This may need to be split the way that definitions are in the appendix.

Editor’s Note: References to this sub-clause need to be added in the session termination sections.

There are the following variables that have influence on the removal of PoC Participants from the PoC Session. The variables can be configured by the operator for the PoC Server; the possible values are given in the parenthesis. 


· auto-release (true/false) 

· if true the PoC Server SHALL remove rest of the Participants from the PoC Session and terminate the PoC Session when the originator leaves the PoC Session


· if false the PoC Server SHALL NOT remove rest of the Participants from the PoC Session  and terminate the PoC Session when the originator leaves the PoC Session


· session max length (seconds)


· if the PoC Session has lasted the specified amount of seconds the PoC Server SHALL terminate the PoC Session


· number-of-remaining-participants (number)


· if the PoC Session has as many as or less than specified Participants left the PoC Server SHALL terminate the PoC Session


The release policy may be a combination of the following according to the local policy defined by the operator:

· 













· 



1. The PoC Server performing the Controlling PoC Function SHALL remove the rest of the Participants from the PoC Session it hosts and terminate the PoC Session:  


· if the PoC Session is an Ad-hoc or 1-1 PoC Session and the originator of the PoC Session leaves the PoC Session;


· if the PoC Session is a Pre-arranged PoC Session and the originator of the PoC Session leaves the PoC Session and the auto-release has the value "true";


· if the PoC Session is a 1-1 PoC Session and there is only one or zero Participant in the PoC Session;


· if the PoC Session is a Pre-arranged , Ad-hoc or 1-1 PoC Session and there are as many as or less than "number-of-remaining-participants" Participants in the PoC Session;


· if the PoC Session has lasted longer than the session max length variable specifies;

· if the PoC Session is Pre-arranged or Chat PoC Group Session and the Group is deleted.


2. The PoC Server performing the Controlling PoC Function SHALL remove a Participant from the PoC Session:

· if the PoC Session is Pre-arranged or restricted Chat PoC Group Session and the Participant is removed from the Group.

7.2.2 Request initiated by the Controlling PoC Function


7.2.2.1 General


The PoC Server SHALL generate an initial SIP INVITE request according to rules and procedures of [RFC3261]. The PoC Server


· 1. SHALL include an Accept-Contact header with the PoC feature-tag '+g.poc.talkburst' with "require" and "explicit" feature parameters according to rules and procedures of [RFC3841] in all initial INVITE requests. 

· 2. SHALL include User-Agent header to indicate the PoC release version


NOTE:
The use of the option tag ‘precondition’, as specified in [RFC3312], is not defined for the POC-2 reference point.


· 3. SHALL include an option tag '100rel' in a Supported header according to rules and procedures of [RFC3262].

· 4. SHALL include Authenticated Originator’s PoC Address 


a) set to the PoC Address of the inviting PoC Client in case of 1-1PoC Session and Ad-hoc PoC Group Session or


b) set to the PoC Group Identity with the Session Type uri-parameter with the value "prearranged" or "chat" in case of the Pre-arranged or Chat PoC Group respectively;

· 5. SHALL include a Referred-By header with the PoC Address of the inviting PoC Client according to rules and procedures of [RFC3892];


· 6. SHALL include in the Contact header as PoC Session Identity the contact address of the conference with the PoC feature-tag '+g.poc.talkburst' and the feature-tag "isfocus" and a Session Type uri-parameter set according to the type of the PoC Session. 


· 7. SHOULD include the Session-Expires header with the refresher parameter set to 'uas' according to rules and procedures of [draft-ietf-sip-session-timer] in all initial SIP INVITE requests.


· 8. SHALL include the Supported header set to "timer" in all initial SIP INVITE requests.


· 9. SHALL include value 'id' in a Privacy header according to rules and procedures of [RFC3323] and [RFC3325], if anonymity is requested with the "Privacy: id" header by the inviting PoC Client;


· 10. SHALL include unmodified a P-Alerting-Mode header if a P-Alerting-Mode header was present in the incoming SIP INVITE request or SIP REFER request that caused the outgoing SIP INVITE request to be generated.


On receipt of the SIP 200 "OK" response to the initial outgoing SIP INVITE request the PoC Server SHALL start the SIP Session timer according to rules and procedures of [draft-ietf-sip-session-timer].


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS Session establishment mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.2.2.2 PoC Session invitation requests


This subclause describes the procedures for inviting a PoC User to a PoC Session. The procedure is initiated by the PoC Server as the result of an action specified in subclause 7.2.1 "Requests terminated at the Controlling PoC Function".

The PoC Server:


· 1.  SHALL generate a SIP INVITE request as specified in subclause 7.2.2.1 "General";


· 2.  SHALL set the  Request-URI  to the  PoC Address of the PoC User;


· 3.  SHALL include a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] as follows:


a) set the IP address and port number for the RTP Session,


b) set the supported codecs of the PoC Server,


c) if another IP address or port number shall be used instead of the default IP address and port number as specified in [RFC3550], the IP address and port number at the PoC Server for the RTCP Session according to rules and procedures of [RFC3605],


d) The offered Talk Burst Control Protocol and the port number(s) for the Talk Burst Control Protocol.


· 4.  SHALL,  if the incoming request contained a P-Alerting-Mode header containing the value "MAO" as specified in [draft-poc-p-headers] then perform authorisation to ensure that the Authenticated Originator's PoC Address is authorised to use the Manual Answer Override and if authorised then include a P-Alerting-Mode header with the value "MAO" according to rules and procedures of [draft-poc-p-headers];

· 5.  SHALL send the SIP INVITE request towards the SIP/IP Core according to rules and procedures of the SIP/IP Core.


Upon receiving a SIP 183 "Session Progress" response containing a Require header with the Option-tag '100rel' and containing a P-Answer-State header with the value "Unconfirmed" in response to the SIP INVITE request the PoC Server SHALL according to rules and procedures of [RFC3262] send a SIP PRACK request to the other PoC Server according to rules and procedures of the SIP/IP Core.

''Upon receiving SIP 200 "OK" response for the SIP INVITE request the PoC Server shall interact with the User Plane as specified in [OMA-PoC-UP] "Controlling PoC Function procedures at PoC Session initialization".


NOTE: 
Procedures towards inviting PoC Clients, when SIP 183 "Session Progress", SIP 180 "Ringing" SIP 200 "OK" or other SIP final  response (4xx, 5xx, 6xx) is received, are specified subclause 7.2.1 "Requests Terminated at the Controlling PoC Function".


7.2.2.3 Cancel of PoC Session invitation requests


When the PoC Server needs to cancel the PoC Session invitation request and when it has not received a SIP final response, the PoC Server SHALL cancel the SIP INVITE request acting as UAC according to rules and procedures of [RFC3261].;

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

7.2.2.4 Removal of Participant from PoC Session


When a PoC Participant needs to be removed from the PoC Session the PoC Server:


· 1. SHALL interact with User Plane as specifed in [OMA-PoC-UP] "Controlling PoC Function procedures at PoC Session release";


· 2. SHALL generate a SIP BYE request according to  rules and procedures of  [RFC3261] 


· 3. SHALL send the SIP BYE request towards the PoC Client of the Participant according to rules and procedures of the SIP/IP Core;


Editor's Note:  Checking the PoC Session termination policies needs to be enhanced to indicate what what is done according to the policy


Upon receiving a SIP 200 "OK" for the SIP BYE request, the PoC Server SHALL release User Plane resources towards the Participating PoC Function (or towards the PoC Client if there is no Participating PoC Function on the User Plane path) by interacting with the User Plane as specified in [OMA-PoC-UP] "Controlling PoC Function procedures at PoC Session release".


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.2.2.5 PoC Session modification


This subclause describes the optional procedures for modifying Media Parameters for one SIP Session in an ongoing PoC Session. The procedure MAY be initiated by the PoC Server as the result of an action specified in subclause 7.2.1 "Requests terminated at the Controlling PoC Function".

The PoC Server


· 1. SHALL generate either a SIP UPDATE request or a SIP re-INVITE request. A SIP UPDATE request MAY be used only if the PoC Server performing the Participating PoC Function has indicated support for the SIP UPDATE method;

· 2. SHALL include a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] with the modified Media Parameters;

· 3. SHALL send the SIP request towards PoC Client according to rules and procedures of SIP/IP Core .


Upon receipt of a SIP 200 "OK" response the PoC Server SHALL:


· 1. activate the new according to the new Media Parameters as specified in [OMA-PoC-UP] "User Plane adaptation".

The PoC Server SHALL continue to use the current Media Parameters until it has received a SIP 200 "OK" response.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.2.2.6 Group Advertisement request


When the PoC Server supports the sending of a Group Advertisement to a PoC Address, the PoC Server: 


· 1. SHALL generate a SIP MESSAGE request according to rules and procedures of [RFC3428];


· 2. SHALL include an Accept-Contact header with the PoC feature-tag '+g.poc.groupad' along with ‘require’ and ‘explicit’ parameters according to rules and procedures of [RFC3841];


· 3. SHALL include PoC specific content in form of application/vnd.poc.advertisement+xml indicating 'Group Advertisement'. If this procedure has been initiated by a request received from a SIP/IP Core then the content SHALL be the same as in the request received from the SIP/IP Core; 

· 4. SHALL set the Request-URI to the PoC Address;


· 5. SHALL forward the SIP MESSAGE request towards the SIP/IP Core according to rules and  procedures of the SIP/IP Core.

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

7.3 Participating PoC Function procedures


7.3.1 Requests initiated by the served PoC User


7.3.1.1 General


Upon receiving of an initial SIP INVITE request from the served PoC Client that causes an initial SIP INVITE request to be sent, the PoC Server SHALL generate an initial SIP INVITE request according to rules and procedures of [RFC3261].

The PoC Server


· 1. SHALL, if the incoming SIP INVITE request contained a Privacy header, include the Privacy header unmodified according to rules and procedures of  [RFC3323] and [RFC3325];

· 2. SHALL include an Accept-Contact header with the PoC feature-tag '+g.poc.talkburst' with "require" and "explicit" parameters according to rules and procedures of [RFC3841];

· 3. SHALL include User-Agent header to indicate the PoC release version;

NOTE 1: 
The use of the option tag ‘precondition’, as specified in [RFC3312], is not defined for the POC-1 or POC-2 reference points.


NOTE 2:
The use of the option tag ‘100rel’, as specified in [RFC3262] is not defined for the POC-1 reference point.


· 4. SHOULD include the Session-Expires header with the refresher parameter set to 'uac' according to rules and procedures of [draft-ietf-sip-session-timer] all initial SIP INVITE requests;

· 5. SHALL include the Supported header set to "timer" in the INVITE request;

· 6. SHALL store the allowed SIP methods if received in the Allow header;

· 7. SHOULD include an Allow header with all supported SIP methods.


Upon receiving SIP provisional responses, other than the SIP 100 "Trying" response, to the SIP INVITE request and if the PoC Server is acting as a B2BUA, the PoC Server:


· 1. SHALL generate the SIP provisional response according to rules and procedures of [RFC3261];

· 2. SHALL include a Server header with the PoC release version.


Upon receiving a SIP 200 "OK" response to the SIP INVITE request and if the PoC Server is acting as a B2BUA the PoC Server


· 1. SHALL generate a SIP 200 "OK" response according to rules and procedures of [RFC3261];

· 2. SHALL include the Session-Expires header in the SIP 200 "OK" response before sending the response to the PoC Client with the refresher parameter set to 'uac'; and,

· 3. SHALL start the SIP Session timer according to rules and procedures of [draft-ietf-sip-session-timer]; 

· 4. SHALL store the supported  SIP methods if received in the Allow header;

· 5. SHOULD  include an Allow header with all supported SIP methods;

· 6. SHALL include a SIP URI for the Contact header as follows:


a) constructed such that the PoC Server can also resolve it back to the original SIP URI provided in the SIP 200 "OK" response by the Controlling PoC Function;

b) include the PoC feature-tag ‘+g.poc.talkburst’;

c) include the Session-Type URI-parameter provided in the SIP 200 "OK" response received from the Controlling PoC Function.

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS Session mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

7.3.1.2 Pre-established Session


Upon receipt of an initial SIP INVITE request that includes a Conference-factory-URI in the Request-URI but no invited member(s), the PoC Server performing the Participating PoC Function: 


· 1. SHALL check whether the Accept-Contact header included the PoC feature-tag '+g.poc.talkburst' and if it is not included the PoC Server SHALL return a SIP 404 "Not Found" response. Otherwise, continue with the rest of the steps;


· 2. SHALL, if the PoC Server cannot accept the request, return a SIP 403 "Forbidden" response according to rules and procedures of [RFC3261]. Otherwise, continue with the rest of the steps;


NOTE:  Pre-established Session is an optional function; hence, the above condition is for the case where the PoC Server does not support this optional function.


· 3. SHALL check whether the Conference-factory-URI is allocated and perform the actions specified in subclause 7.5.1 "Conference-factory URI does not exist" if it is not allocated;


· 4. SHALL perform the actions to verify the Authenticated Originator's PoC Address of the PoC Client and verify the request authorization. The following actions SHALL only be performed if the request can be authorized;


· 5. SHALL validate that the Media Parameters are acceptable by the PoC Server and if not reject the request with a SIP 488 "Not Acceptable Here" response. Otherwise, continue with the rest of the steps;


· 6. SHALL allocate a URI to be used as a Group Identity identifying the Pre-established Session; 


· 7. SHALL generate and sends a SIP 200 "OK" response to the SIP INVITE request to the SIP/IP Core along the signalling path, indicating the Group Identity identifying the Pre-established Session in the Contact header and indicating the "isfocus" feature parameter and the PoC feature-tag '+g.poc.talkburst'. The SIP 200 "OK" response SHALL include a MIME SDP body as a SDP answer according to rules and procedures of [RFC3264] and [RFC2327] as follows:


a) the IP address and port number at the PoC Server for the RTP Session;


b) the selected codec;


c) if another IP address or port shall be used instead of the default IP address and port number, set the IP address and port number at the PoC Server for the RTCP Session according to rules and procedures of [RFC3605];

d) the selected Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol.


· 8. SHALL interact with the User Plane as specified in [OMA-PoC-UP] "Participating PoC Function procedures at PoC Session initialization".


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS Session establishment mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.3.1.3 Pre-established Session modification


This subclause describes the procedures that the Participating PoC Server upon receiving a SIP UPDATE request or a SIP re-INVITE request for modifying the Pre-established Session, which is not used for a PoC Session. 


The PoC Server:


· 1. SHALL examine the version parameter in the MIME SDP body and determine if a change of the media capabilities is requested;

· 2. SHALL validate that the new media capabilities ("a=inactive" or "a=sendrecv") are acceptable by the PoC Server and if not reject the request with a SIP 488 "Not Acceptable Here" response.  Otherwise, continue with the rest of the steps;

· 3. SHALL update the User Plane with the new media capabilities as specifed in [OMA-PoC-UP] "User Plane adaptation";

· 4. SHALL generate a SIP 200 "OK" response as follows:


a) include a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] with the new media capabilities;

b) send a SIP 200 "OK" response to the SIP/IP Core along the signalling path.


NOTE 1:
 In case the Pre-established Session is on hold the PoC Server performing the Participating PoC Function shall forward the PoC Session initiation messages between the PoC Client and the PoC Server performing the Controlling PoC Function.


NOTE 2: 
In case the media parameters have been re-negotiated during the PoC Session, they are valid in the Pre-established Session also after the PoC Session is released.

7.3.1.4 PoC Session initiation using On-demand Session


Upon receiving an initial SIP INVITE request that contains a Request-URI not hosted at this PoC Server either:


· 1. SHALL behave as a B2BUA according to rules and procedures of [RFC3261] for the duration of the PoC Session, when staying on the media path and Talk Burst control path and;


· 2. SHALL generate a SIP INVITE request as specified in subclause 7.3.1.1 "General";


· 3. SHALL insert its address in the Contact-header of the SIP INVITE request; 


· 4. SHALL if a P-Alerting-Mode header with the value "MAO" is present in the incoming SIP INVITE request authorize whether the Served PoC User indicated by the Authenticated Originator's PoC Address is entitled to request Manual Answer Override and if authorized then include a P-Alerting-Mode header with the value "MAO" otherwise the PoC Server SHALL return a SIP 403 "Forbidden" response and not continue with the rest of the steps.

· 5. SHALL include the Media Parameters of the PoC Server in the SIP INVITE request as follows:


a) SHALL include a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] as follows:


i. the IP address and port number at the PoC Server for the RTP Session;


ii. set the supported codecs of the PoC Client; 


iii. if another IP address or port is used instead of the default IP address and port number as specified in [RFC3550], set the IP address and port number at the PoC Server for the RTCP Session according to rules and procedures of [RFC3605];

iv. the offered Talk Burst Control Protocol and the port number(s) for the Talk Burst Control Protocol.


· 6. SHALL send the SIP INVITE request towards the PoC Server performing the Controlling PoC Function according to rules and procedures of the SIP/IP Core.


or 


· 7. SHALL act as a SIP proxy according to rules and procedures of [RFC3261] for the duration of the PoC Session, when not staying in media and Talk Burst control message path the PoC Server;


· 8. SHALL forward the SIP INVITE request towards the PoC Server performing the Controlling PoC Function.


Upon receiving a SIP 180 "Ringing" response and when the PoC Server is acting as a B2BUA, the PoC Server 


· 1. SHALL generate a SIP 180 "Ringing" response to the SIP INVITE request as specified in the subclause 7.3.1.1 "General";

· 2. SHALL forward the SIP 180 "Ringing" response to the PoC Client according to rules and procedures of the SIP/IP Core.

Upon receiving a SIP 180 "Ringing" response and when the PoC Server is acting as a SIP proxy the PoC Server SHALL forward the SIP response according to rules and procedures of [RFC3261].


Upon receiving a SIP 200 "OK" response, the PoC Server is acting  as a B2BUA


· 1. SHALL generate a SIP 200 "OK" response as specified in the subclause 7.3.1.1 "General"; 


· 2. SHALL include a MIME SDP body  as a SDP answer according to rules and procedures of [RFC3264] and [RFC2327] as follows:


a) The IP address and port number at the PoC Server for the RTP Session;


b) The selected codec; 


c) If another IP address or port is used instead of the default IP address and port number as specified in [RFC3550], set the IP address and port number at the PoC Server for the RTCP Session according to rules and procedures of [RFC3605];

d) The selected Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol and optionally "tb-granted" indication as specified in C.3 "SDP Extensions".  


· 3. SHALL send the SIP 200 "OK" response to the PoC Client according to rules and procedures of SIP/IP Core;

· 4. interact with User Plane as specified in [OMA-PoC-UP] "Participating PoC Function procedures at PoC Session initialization";

· 5. SHALL include unmodified a P-Answer-State header if a P-Answer-State header was present in the incoming SIP 200 "OK" response;

· 6. SHALL send the SIP 200 "OK" response towards the initiating PoC Client.

Upon receiving a SIP 200 "OK" response, when the PoC Server is acting  as a SIP proxy


· 1. SHALL forward the SIP 200 "OK" response toward the initiating PoC Client according to rules and procedures of [RFC3261] and SIP/IP Core;

· 2. SHALL continue to act as a SIP proxy for the duration of the PoC Session.


Upon receiving a SIP final response other than a SIP 200 "OK", the PoC Server SHALL forward the SIP final response along the signalling path towards the initiating PoC Client.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.3.1.5 PoC Session initiation using Pre-established Session


Upon receiving a SIP REFER request where the "method" parameter in the Refer-To header is set to "INVITE" the PoC Server:


· 1. SHALL check whether the request is acceptable and if it isn’t return a SIP 4xx response according to rules and procedures of [RFC3515]. Otherwise, continue with the rest of the steps;

· 2. SHALL check the identity in the Request-URI and if it does not belong to a Pre-established Session owned by the PoC Server, then the PoC Server SHALL send the SIP REFER request back to the SIP/IP Core according to the procedures of the SIP/IP Core. Otherwise, continue with the rest of the steps;


· 3. SHALL send SIP 202 "Accepted" response according to rules and procedures of [RFC3515];


· 4. SHALL check the SIP URI in the Refer-To header whether it includes the Session-Type URI-parameter "adhoc", "pre-arranged" or "chat" and if it does not include one of these Session Type URI-parameters then continue at step 5, otherwise the PoC Server:

a) SHALL behave as a B2BUA according to rules and procedures of [RFC3261] for the duration of the PoC Session;


b) SHALL generate a SIP INVITE request as specified in sub-clause 7.3.1.1 "General" using the URI out of the Refer-To in the SIP REFER request;


c) SHALL include in the SIP INVITE request a MIME SDP body containing the Media Parameters of the PoC Server as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] as follows:



i. the IP address and port number at the PoC Server for the RTP Session;


ii. set the supported codecs of the PoC Client;


iii. if another IP address or port shall be used instead of the default IP address and port number, set the IP address and port number at the PoC Server for the RTCP Session according to rules and procedures of [RFC3605];

iv. the offered Talk Burst Control Protocol and the port number(s) for the Talk Burst Control Protocol.

d) SHALL send the SIP INVITE request towards the PoC Server performing the Controlling PoC Function according to rules and procedures of the SIP/IP Core. Do not continue with the rest of the steps.


· 5. The PoC Server SHALL perform the procedures as specified in 7.2.1.8 "Adding Participants to PoC Session Request".

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms, according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.3.1.6 PoC Session modifications


Upon receiving a SIP UPDATE request or a SIP re-INVITE request from the PoC Client during an active PoC Session including a new SDP offer as specified by [RFC3264] and [RFC2327] a PoC Server acting as a B2BUA: 


· 1. SHALL validate that the Media Parameters are acceptable to the PoC Client and if not reject the request with a SIP 406 "Not Acceptable" response. Otherwise continue with the rest of the steps.

· 2. SHALL generate a SIP UPDATE request according to rules and procedures of [RFC3311] or a SIP re-INVITE request according to rules and procedures of [RFC3261]. A SIP UPDATE request MAY be used only if the PoC Server performing the Controlling PoC Function has indicated support for the SIP UPDATE method;

· 3. SHALL include a MIME SDP body as a SDP offer in the SIP UPDATE request and SIP re-INVITE request according to rules and procedures of [RFC3264] and [RFC2327] with the new Media Parameters;

· 4. SHALL send the SIP request towards the PoC Server performing the Controlling PoC Function within the existing SIP dialog according to rules and  procedures of  the SIP / IP Core.

On receipt of a SIP 200 "OK" response the PoC Server:


· 1. SHALL generate a SIP 200 "OK" response to the SIP UPDATE request and SIP re-INVITE according to rules and procedures of [RFC3261];

· 2.  SHALL, if the PoC Server is in the media path, update the User Plane with the new Media Parameters received in the MIME SDP body as specified in [OMA-PoC-UP] "User Plane adaptation";

· 3. SHALL send a SIP 200 "OK" response towards the PoC Client according to rules and procedures of SIP/IP Core.


Upon receiving a SIP UPDATE request or a SIP re-INVITE request from the PoC Client during an active PoC Session a PoC Server acting as a SIP proxy SHALL act according to rules and procedures of [RFC3261].


Upon receiving SIP reject response the PoC Server SHALL forward the SIP response to the PoC Client according to rules and procedures of  SIP/IP Core.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS Session mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

7.3.1.7 SIP SUBSCRIBE request


If the PoC Server receives a SIP SUBSCRIBE request that contains a SIP URI not hosted at this PoC Server then the PoC Server: 


· 1. SHALL, if the PoC Server wants to stay on the signalling path then insert a Record-Route header containing its own address;


· 2. SHALL forward the SIP SUBSCRIBE request towards the SIP/IP Core.


Upon receiving a SIP final response PoC Server SHALL forward the SIP final response along the signalling path towards the initiating PoC Client.

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

7.3.1.8 SIP REFER request received

Upon receiving a SIP REFER request the PoC Server: 


· 1. SHALL check the SIP REFER request;

a) if the PoC Server cannot accept the SIP REFER request, it SHALL return a 4xx response according to rules and procedures of [RFC3515]. Otherwise, continue with the rest of the steps'

· 2. SHALL check the identity contained in the Request-URI;

a) if the identity in the Request-URI belongs to a Pre-established Session owned by the PoC Server, then the PoC Server SHALL 


i. send a SIP 202 "Accepted" response according to rules and procedures of [RFC3515];

ii. perform the procedures specified in subclause 7.2.1.8. "Adding PoC Participants to PoC Session request".

b) Otherwise the PoC Server:


i. SHALL based on Policy add its own address to a Record-Route header in the SIP REFER request if the PoC Server requires to be on the route of SIP NOTIFY requests sent as part of the SIP REFER dialog; 


ii. SHALL proxy the SIP REFER request back to the SIP/IP Core according to rules and  procedures of the SIP/IP Core. 


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.3.1.9 SIP CANCEL request


Upon receiving a SIP CANCEL request from the PoC Client, a PoC Server acting as a B2BUA: 


· 1. SHALL act as UAS according to rules and procedures of [RFC3261];


· 2. SHALL cancel the SIP INVITE request towards the PoC Server performing the Controlling PoC Function acting as UAC according to rules and procedures of [RFC3261].


When acting as a SIP proxy rules and procedures as specified in [RFC3261] SHALL be applied.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.3.1.10 SIP BYE request from PoC Client


7.3.1.10.1 SIP BYE request from PoC Client – On-demand Session case


Upon receiving a SIP BYE request from the PoC Client a PoC Server acting as a B2BUA:


· 1. SHALL generate a SIP 200 "OK" response and send it towards PoC Client according to rules and  procedures of the SIP/IP Core;


· 2. SHALL release User Plane resources associated with the SIP Session with the PoC Client as specified in [OMA-PoC-UP] "Participating PoC Function procedures at PoC Session release";


· 3. SHALL send a SIP BYE request towards the PoC Server performing the Controlling PoC Function according to rules and procedures of the SIP/IP Core;


Upon receiving a SIP 200 "OK" response to the SIP BYE request the PoC Server SHALL release User Plane resources associated with the SIP Session with the PoC Server performing the Controlling PoC Function as specified in [OMA-PoC-UP] "Participating PoC Function procedures at PoC Session release".


When acting as a SIP proxy rules and procedures as specified in [RFC3261] SHALL be applied.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

7.3.1.10.2 SIP REFER BYE request from PoC Client – Pre-established Session case


Upon receiving from the PoC Client a SIP REFER request with the method parameter set to value "BYE" in the Refer-To header the PoC Server:


· 1. SHALL check whether the Request-URI is a Pre-established Session identity hosted by the PoC Server; and if it is not then send the SIP REFER request back to the SIP/IP Core and do not continue the rest of the steps;


· 2. SHALL send SIP 202 "Accepted" response according to rules and procedures of [RFC3515];


· 3. in case of a PoC Session is established within a Pre-established Session as specified in subclause 6.1.4.2.2 "PoC Client initiates an Ad-hoc PoC Group Session and 1-1 PoC Session", the PoC Server 

a) SHALL perform the procedures as specified in subclause 7.2.1.9.2 "Leaving a PoC Session request – pre-established case".

· 4. in case of a PoC Session is established within Pre-established Session, as specified in subclause 6.1.4.2.3 “PoC Client initiates a Pre-arranged or Chat PoC  Group Session”, or by sending a TBCP message as specified in [OMA-POC-UP] "Participating PoC function procedures at PoC Session initialization", the PoC Server

Editor’s note: Also the originating pre-arranged case should be covered under the bullet point 4.


a) SHALL perform the actions to verify the Authenticated Originators PoC Address of the PoC Client and authorize the request and if it is not authorized the PoC Server SHALL return a  SIP 403 "Forbidden" response;


b) SHALL generate a final response to the SIP REFER request according to rules and procedures of [RFC3515] and send it to the SIP/IP Core along the signalling path;


c) SHALL extract from the Refer-To header the PoC Session Identity that the PoC Client wants to leave; 


d) SHALL generate a SIP BYE request and set the Request-URI to the PoC Session Identity;


e) SHALL send the SIP BYE request towards the Controlling PoC Function according to the procedures of the SIP/IP Core;


Upon receiving a SIP 200 "OK" response for the SIP BYE request sent towards the Controlling PoC Function to leave a PoC Session, the PoC Server: 


· 1. SHALL release User Plane resources towards the Controlling PoC Function as specified in [OMA-PoC-UP] "Participating PoC function procedures at PoC Session release";


· 2. SHALL send SIP NOTIFY request(s) concerning the SIP REFER request according to rules and procedures of [RFC3515].


7.3.1.10.3 Pre-established Session release request from PoC Client


Upon receiving a SIP BYE request from the PoC Client within a Pre-established Session the PoC Server:


· 1. SHALL check if there is a PoC Session established within the Pre-established Session as specified in subclause 6.1.4.2.2 "PoC Client initiates an Ad-hoc PoC Group Session and 1-1 PoC Session". If there is then the PoC Server 

a) SHALL perform the procedures as specified in subclause 7.2.1.9.2 "Leaving a PoC Session request – pre-established case";


· 2. SHALL check if there is no PoC Session established within the Pre-established Session but there is a PoC Session associated to the Pre-established Session, then the PoC Server

a) SHALL generate a SIP BYE request and set the Request-URI to the PoC Session Identity;


b) SHALL send the SIP BYE request towards the Controlling PoC Function according to the procedures of the SIP/IP Core;


Upon receiving a SIP 200 "OK" response for the SIP BYE request to remove the Pre-established Session, the PoC Server 


· 1. SHALL release User Plane resources towards the Controlling PoC Function as specified in [OMA-PoC-UP] "Participating PoC function procedures at PoC Session release";


· 2. SHALL release User Plane resources associated with the SIP Session with the PoC Client as specified in [OMA-PoC-UP] "Participating PoC function procedures at PoC Session release";

· 3. SHALL send a 200 "OK" response to the PoC Client.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.3.1.11 Group Advertisement request


Upon receipt of a SIP MESSAGE request containing the PoC feature-tag '+g.poc.groupad' in the Accept-Contact header field and an identity in the Request-URI not hosted at this PoC Server the PoC Server: 


· 1. SHALL check the Authenticated Originator's PoC Address of the PoC user for permission to send a Group Advertisement, and if the PoC User is not allowed to send a Group Advertisement the PoC Server SHALL send a SIP 403 "Forbidden" response. Otherwise, continue with the rest of the steps;

· 2. SHALL forward the SIP MESSAGE request to the SIP/IP Core. 

Upon receiving a SIP final response, forward the final response along the signalling path towards the initiating PoC Client

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.3.1.12 Simultaneous Session control procedures


7.3.1.12.1 General


The support of Simultaneous PoC Sessions is optional for the PoC Server. The following procedures in this subclause are only applicable when the PoC Server supports Simultaneous PoC Sessions.

7.3.1.12.2 PoC Session priority request


Upon receiving a SIP INVITE or SIP UPDATE or SIP re-INVITE request containing the PoC Session priority attribute as specified in C.3.1 "Talk Burst Contol Protocol MIME registration" in the SDP offer the PoC Server:


· 1. SHALL validite that the the PoC Session priority in the SDP offer is acceptable to PoC Server and if not reject the request with a SIP 488 "Not Acceptable Here" response. Otherwise, continue with the rest of the steps; 

· 2. SHALL check the PoC Session priority value;


a) if the PoC Session priority value ‘poc-group-scan’ is 0 then the PoC Server SHALL set the PoC Session priority to secondary, perform procedures specified in [OMA-PoC-UP] "Simultaneous PoC Session state diagram – per User";


b) if the PoC Session priority value ‘poc-group-scan’ is 1 then the PoC Server SHALL set the PoC Session priority to primary and ensure that all other PoC Sessions have the secondary priority, and perform procedures specified in [OMA-PoC-UP] "Simultaneous PoC Session state diagram – per User".


· 3. SHALL remove the PoC Session priority attribute in the SDP payload in case  the request will be forwarded to Controlling PoC Function;

· 4. SHALL generate a SIP 200 "OK" containing an SDP answer that indicates the selected priority value;

· 5. SHALL send the SIP 200 "OK" response to the SIP/IP Core along the signalling path.

NOTE 1: 
The PoC Server performing Participating PoC Function if not recognizing an attribute will ignore it and pass it towards PoC Server performing the Controlling PoC Function.The PoC Server SHALL set the Session priority by default to Secondary if the PoC Client does not indicate the priority in the request. 


NOTE 2: 
Only one PoC Session can be set a Primary Session at the given time.


7.3.1.12.3 PoC Session locking request


Upon receiving a SIP INVITE or SIP UPDATE or SIP re-INVITE request containing the PoC Session locking attribute in the SDP offer as specified in C.3.1 “Talk Burst Control Protocol MIME registration” the PoC Server:

· 1. SHALL validate that the PoC Session priority in the SDP offer are acceptable to the PoC Server and if not reject the request with a SIP 488 "Not Acceptable Here" response. Otherwise, continue with the rest of the steps;

· 2. SHALL check the PoC Session locking value;


a) if the PoC Session locking value ‘poc_ lock’  is 1 then the PoC Server SHALL perform procedures as specifed in [OMA-PoC-UP] "Simultaneous PoC Session state diagram – per User" ; 


b) if the PoC Session locking value ‘poc-lock’ is 0 then the PoC Server SHALL perform procedures as specified in [OMA-PoC-UP] "Simultaneous PoC Session state diagram – per User": 

· 3. SHALL remove the PoC Session locking attribute in the SDP payload in case the request will be forwarded to the PoC Server performing the Controlling PoC Function.


· 4. SHALL generate a SIP 200 "OK" containing the SDP answer that indicates the selected locking value according to rules and procedures of [RFC2337] and [RFC3264];

· 5. SHALL send the SIP 200 "OK" response to the SIP/IP Core along the signalling path.


NOTE 1:
 The PoC Server performing the Participating PoC Function if not recognizing an attribute will ignore it and pass it towards the PoC Server performing the Controlling PoC Function.


The PoC Server SHALL set the locking value by default to "unlocked" if the PoC Client does not indicate the locking in the initial request.

NOTE 2: 
Only one PoC Session can be set locked at the given time. 


NOTE 3:
Receipt of a TBCP Talk Burst Request message from the PoC Client for a PoC Session will cause the locking value to change to "unlocked" in any other PoC Session.

7.3.1.13 SIP Session timer expiry


On expiry of the SIP Session timer and if the PoC Server acts as a B2BUA the PoC Server:


· 1. SHALL send a SIP BYE request to the PoC Client according to rules and procedures of [RFC3261] and according to rules and procedures of the SIP/IP Core;

· 2. SHALL send a SIP BYE request to the PoC Server performing the Controlling PoC Function according to rules and procedures of [RFC3261] and according to rules and  procedures of the SIP/IP Core.


On receipt of a SIP 200 "OK" response to the SIP BYE request from the PoC Client the PoC Server SHALL release User Plane resources as specified in  [OMA-PoC-UP] "Participating PoC Function procedures at PoC Session release" in the direction towards the PoC Client.


On receipt of a SIP 200 "OK" response to the SIP BYE request from the PoC Server performing Controlling PoC Function the PoC Server SHALL release User Plane resources as specified in  [OMA-PoC-UP] "Participating PoC Function procedures at PoC Session release" in the direction towards the PoC Server performing the Controlling PoC Function.


NOTE:
In case the PoC Client or the PoC Server performing the Controlling PoC Function does not respond to the SIP BYE request the PoC Server acts as if the SIP 200 "OK" response was received.


On expiry of the SIP Session timer and if the PoC Server acts as a B2BUA the PoC Server:


· 1. SHALL release User Plane resources as specified in [OMA-PoC-UP] "Participating PoC Function procedures at PoC Session release" in the direction towards the PoC Server performing the Controlling PoC Function; and,


· 2. SHALL release User Plane resources as specified in [OMA-PoC-UP] "Participating PoC Function procedures at PoC Session release" in the direction towards the PoC Client.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS Session mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.3.1.14 PoC service setting procedure


Upon receiving a SIP PUBLISH request the PoC Server: 


· 1. SHALL check whether the Accept-Contact header includes the feature-tag '+g.poc.talkburst' and if not included the PoC Server SHALL return a SIP 403 "Forbidden" response. Otherwise, continue with the rest of the steps;

· 2. SHALL check whether the Event header includes value 'poc-settings' and if not included the PoC Server SHALL return a SIP 489 "Bad event" response. Otherwise, continue with the rest of the steps;

· 3. SHALL perform the actions to verify the Authenticated Originator’s PoC Address of the PoC Client and if not authorized the PoC Server SHALL return a SIP 403 "Forbidden" response. Otherwise, continue with the rest of the steps;

· 4. SHALL process the SIP PUBLISH request according to rules and procedures of [RFC3903] and if processing of the SIP request was successful continue with next step;


· 5. SHALL store the PoC settings; and,


· 6. SHALL send SIP 200 "OK" response to the SIP PUBLISH request.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS session mechanisms according to rules and procedures of [3GPP TS 24.229] / [3GPP2 X.PS0013.4] with the clarifications given in this subclause. 


7.3.2 Requests terminated by the served PoC User


7.3.2.1 General


The PoC Server SHALL generate an initial SIP INVITE request according to rules and procedures of [RFC3261] with the clarifications in this subclause.


The PoC Server


· 1. SHALL include value 'id' in a Privacy header according to rules and procedures of [RFC3323] and [RFC3325] if anonymity is requested with the Privacy header containing the tag "id";

· 2. SHALL include an Accept-Contact header with the PoC feature-tag '+g.poc.talkburst' with "require" and "explicit" parameters according to rules and procedures of [RFC3841]; 

· 3. SHALL include User-Agent header to indicate the PoC release version


· 4. SHOULD include the Session-Expires header in the INVITE with the refresher parameter set to 'uas' according to rules and procedures of [draft-ietf-sip-session-timer];

· 5. SHALL include the option-tag "timer" in the Supported header;

· 6. SHALL include a Contact header as follows:


a) a SIP URI constructed such that the PoC Server can also resolve it back to the original SIP URI provided in the SIP INVITE request by the Controlling PoC Function; 

b) include the PoC feature-tag ‘+g.poc.talkburst’;

c) include the Session-Type URI-parameter provided in the SIP INVITE request by the Controlling PoC Function.


NOTE:
The use of the option tag ‘precondition’, as specified in [RFC3312] and the option tag ‘100rel’, as specified in [RFC3262] is not defined in the POC-1 reference point.


Upon receiving SIP provisional responses other than the SIP 100 "Trying" response to the SIP INVITE request, the PoC Server :


· 1. SHALL generate the SIP provisional response according to rules and procedures of [RFC3261];

· 2. SHOULD include value 'id' in the Privacy header according to rules and procedures of [RFC3323] and [RFC3325], if the privacy is requested with the value 'id' in the Privacy header the PoC Server;

· 3. SHALL include a Server header with the PoC release version.


On receipt of the SIP 200 "OK" response to the SIP INVITE request or the SIP UPDATE request the PoC Server


· 1. SHALL generate the SIP 200 "OK" response according to rules and procedures of [RFC3261] and [RFC3262].


· 2. SHALL include the Session-Expires header in the SIP 200 "OK" before sending the response towards the PoC Server performing the Controlling PoC Function with the refresher parameter set to 'uas'; and,

· 3. SHALL start the SIP Session timer according to rules and procedures of [draft-ietf-sip-session-timer];

· 

· 4. SHALL include a methods parameter with supported SIP methods including the "UPDATE" method in an Allow header.

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS Session mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

7.3.2.2 PoC Session invitation request


Upon receipt of an initial SIP INVITE request that includes a PoC Address in the Request the PoC Server: 


· 1. SHALL check that the PoC Address in the Request-URI is served by the PoC Server and if it is not then return a SIP 404 "Not Found" response without continuing the rest of the steps;


· 2. SHALL check whether the Accept-Contact header including the PoC feature-tag '+g.poc.talkburst' is included and if it is not then the PoC Server SHALL return a SIP 406 "Not Acceptable" response  without continuing the rest of the steps;


· 3. SHALL check the presence of the "isfocus" feature parameter in the URI of the Contact header and if it is not present then the PoC Server SHALL reject the request with a SIP 406 "Not Acceptable" response including "isfocus not assigned" text in the Warning header without continuing the rest of the steps;


· 4. SHALL check the invited user's access rules associated to the PoC Address received in the Request-URI stored in the PoC XDMS as specified in [POC XDM Specification]. If the "allow-invite" action does not allow to continue the Session the PoC Server SHALL respond with a SIP 403 "Forbidden" response and do not continue the rest of the steps; 


· 5. SHALL check the invited user's Incoming PoC Session Barring setting associated to the PoC Address received in the Request-URI. If the Incoming PoC Session Barring is activated the PoC Server SHALL respond with a SIP 403 "Forbidden" response and do not continue the rest of the steps;

· 6. SHALL check the invited PoC User's Answer Mode associated with the PoC Address received in the Request-URI. If the invited user is using Automatic Answer Mode the PoC Server SHALL perform the actions specified in subclause 7.3.2.2.2 "Automatic answer using the Pre-established Session" or 7.3.2.2.1 "Automatic answer on-demand" depending on whether the invited User has or has not an ongoing Session pre-established with the PoC Address.  Otherwise the PoC Server SHALL perform actions specified in subsclause 7.3.2.2.3 "Manual answer".


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS Session establishment mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

7.3.2.2.1 Automatic-answer using On-demand Session


Editor’s note: It is for further study whether the PoC Server can act as a SIP Proxy. 


If the Authenticated Originator's PoC Address in the initial SIP INVITE request is "accepted" by the rules associated to the Invited PoC User indicated by the Request-URI stored in the PoC XDMS as described in [POC XDM Specification] and the Answer Mode setting in the PoC settings of the Invited PoC User is set to Automatic Answer then

The PoC Server:

· 1. SHALL generate a SIP 183 "Session Progress" response to the SIP INVITE request as specified in subclause 7.3.2.1 "General" and according to rules and procedures of [RFC3261] and [RFC3262];

· 2. MAY include a Require header set to ‘100rel’ according to rules and procedures of [RFC3262];

Editor’s note: How the PoC Server knows which codec to select is FFS.


· 3. SHALL include the P-Answer-State header set to "Unconfirmed";

· 4. SHALL send the SIP 183 “Session Progress” response towards the PoC Server performing the Controlling PoC Function according to rules and procedures of SIP/IP Core.

Editor's Note: Whether it is feasible to send SDP in 183 Session progress needs to be investigated.

The PoC Server 


· 1. SHALL generate a SIP INVITE request as specified in subclause 7.3.2.1 "General";

· 2. SHALL if a P-Alerting-Mode header is included with the value set to "MAO" authorize the Authenticated Originator's PoC Address to override the Invited PoC User’s Answer Mode setting and if authorized, include a P-Alerting-Mode header with the value "MAO";

· 3. SHALL if a P-Alerting-Mode header is not included or if the Authenticated Originator’s PoC Address is not authorized to override the Invited PoC User’s Answer Mode setting include a P-Alerting-Mode header with the value "Auto";

· 4. SHALL include an MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] with the following information:

a) The IP address and port number at the PoC Server for the RTP session;


b) The offered codecs;


c) if another IP address or port is used instead of the default IP address and port number according to rules and procedures of [RFC3550], set the IP address and port number at the PoC Server for the RTCP Session according to rules and procedures of [RFC3605];

d) the offered Talk Burst Control Protocols and the port number(s) to be used for the Talk Burst Control Protocol.


· 5. SHALL send the SIP INVITE request towards the PoC Client according to rules and procedures of the SIP /IP Core.


Upon receiving a SIP 200 "OK" response to the SIP INVITE request the actions in the PoC Server depends, according to rules and procedures of [RFC3261] and [RFC3262], on if the SIP 183 "Session Progress" was sent reliable or not as follow:


· 1. SHALL, if the SIP 183 "Session Progress" was sent unreliable, send the SIP 200 "OK" response immediately (since the PoC Server does not have to wait for a SIP PRACK request);

· 2. SHALL, if the SIP 183 "Session Progress" was sent reliable, send the SIP 200 "OK" according to rules and procedures of [RFC3262] and [RFC3261].


Whenever the PoC Server sends the SIP 200 "OK" response the PoC Server:


· 1. SHALL generate a 200 "OK" response as described in the sub-clause 7.3.2.1 "General";

· 2. SHALL include a MIME SDP body with a SDP answer according to rules and procedures of  [RFC3264] and [RFC2327] with the following information:


a) the IP address and port number at the PoC Server for the RTP Session;


b) the supported codecs; 


c) if another IP address or port is used instead of the default IP address and port number, set the IP address and port number at the PoC Server to be used for RTCP according to rules and procedures of [RFC3605];

d) the supported Talk Burst Control Protocols and the port number(s) to be used for the Talk Burst Control Protocol..

· 3. SHALL send the SIP 200 "OK" response towards the PoC Server performing the Controlling PoC Function according to rules and procedures of SIP/IP Core;

· 4. SHALL interact with the User Plane as specified in [OMA-POC-UP] "Participating PoC Function procedure at initialization";

· 5. SHALL act as a B2BUA for the duration of the PoC Session according to rules and procedures of [RFC3261].


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS session establishment mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this sub-clause.


7.3.2.2.2 Automatic-answer using Pre-established Session


If the Authenticated Originator's PoC Address in the initial SIP INVITE request is "accept" by the rules associated to the Invited PoC User indicated by the Request-URI stored in the PoC XDMS as described in [POC XDM] and the Answer Mode setting in the PoC settings of the Invited PoC User is set to Automatic Answer then the PoC Server:


· 1. SHALL validate that the Media Parameters are acceptable for the PoC Server and if not reject the request with a SIP 488 "Not Acceptable Here" response. Otherwise, continue with the rest of the steps;

· 2. SHALL generate a SIP 200 "OK" response to the SIP INVITE request as described in the subclause 7.3.2.1 "General".


a) Include a MIME SDP body as a SDP answer in the SIP 200 "OK" response according to rules and procedures of [RFC3264] and [RFC2327] as follows:   


i. The IP address and port number at the PoC Server for the RTP Session;


ii. The selected codec; 


iii. If another IP address or port shall be used instead of the default IP address and port number as specified by [RFC3550], set the IP address and port number at the PoC Server for the RTCP Session according to rules and procedures of [RFC3605].


iv. The selected Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol.


· 3. SHALL send the SIP 200 "OK" Response to the SIP INVITE request according to rules and procedures of  SIP/IP Core;

· 4. SHALL interact with the User Plane as described in [OMA-POC-UP] "Participating PoC Function procedure at initialization". 

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS Session establishment mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

7.3.2.2.3 Manual-answer 


If the Authenticated Originator's PoC Address in an initial SIP INVITE request is not present on the Accept List of the Invited PoC User indicated by the Request-URI or the Answer Mode setting in the PoC settings of the Invited PoC User is set to Manual Answer then the PoC Server:


· 1. SHALL, if the P-Alerting-Mode header is included with the value "MAO", check the authorization of  the Authenticated Originator’s PoC Address to override the Invited PoC User’s Answer Mode setting  and if authorized continue as specified in subclause 7.3.2.2.1 "Automatic answer on demand" or as specified in subclause 7.3.2.2.2 "Automatic answer using Pre-established Session" depending on if a Pre-established Session exists or not. If not authorized continue with the following steps;

· 2. SHALL determine if the PoC Server stays in the media path and Talk Burst Control message path or not, as specified in  [OMA-PoC-UP] "User Plane routing";

· 3. SHALL, if the PoC Server stays on the media path the PoC Server


a) SHALL either


i. generate a SIP INVITE request as specified in  subclause 7.3.2.1 "General" if a Pre-established Session is not going to be used; or,

ii. generate a SIP re-INVITE according to the  rules and procedures of  [RFC3261] if a Pre-established Session is going to be used.

b) SHALL include a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] with the following information:


i. the IP address and port number at the PoC Server for the RTP Session;

ii. a list of codecs supported by the PoC Server;

iii. if another IP address or port number is used instead of the default IP address and port number as specified by [RFC3550], set the IP address and port number at the PoC Server to be used for RTCP according to rules and procedures of [RFC3605];

iv. the offered Talk Burst Control Protocols and the port number(s) for the Talk Burst Control Protocol.


c) SHALL continue, for the duration of the SIP Session, acting as a B2BUAaccording to rules and procedures of [RFC3261].


· 4. SHALL, if the PoC Server does not stay in the media path, 

a) for the duration of the SIP Session and as long as the PoC Client is a Participant in the PoC Session, act as a SIP proxy according to rules and procedures of [RFC3261]; and,


b) use the content of the received SIP INVITE to generate the SIP INVITE request according to rules and procedures of [RFC3261].


· 5. SHALL include the P-Alerting-Mode header set to "Manual".


· 6. SHALL send the SIP INVITE request towards the PoC Client according to rules and procedures of the SIP/IP Core.


Upon receiving a SIP 180 "Ringing" response to the SIP INVITE request the PoC Server:


· 1. SHALL generate a SIP 180 "Ringing" response as specified in subclause 7.3.2.1 "General" if acting as a B2BUA;

· 2. SHALL generate a SIP 180 "Ringing" response according to rules and procedures of [RFC3261] if acting as a SIP proxy.


· 3. SHALL send the SIP 180 "Ringing" response towards the PoC Server performing the Controlling PoC Function according to rules and procedures of SIP/IP Core;


Upon receiving a SIP 200 "OK" response to the SIP INVITE request the PoC Server:


· 1. SHALL, if the PoC Server acts as B2BUA 


a) generate a SIP 200 "OK" response as specified in the subclause 7.3.2.1 "General".


b) include a MIME SDP body as the SDP answer according to rules and procedures of [RFC3264] and [RFC2327] with the following information:


i. The IP address and port number at the PoC Server for the RTP Session;


ii. The selected Codec;


iii. if another IP address or port number is used instead of the default IP address and port number as specified in [RFC3550], set the IP address and port number at the PoC Server to be used for RTCP according to rules and procedures of  [RFC3605].


iv. The selected Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol.


c) interact with the User Plane as specified in [OMA-POC-UP] "Participating PoC Function procedure at initialization".


· 2. SHALL, if the PoC Server acts as a SIP proxy

a) generate a SIP 200 "OK" response according to rules and procedures of [RFC3261];

b) include the same MIME SDP body as the SDP answer received in the SIP 200 "OK" response;

· 3. SHALL send the SIP 200 "OK" response to the PoC Server performing the Controlling PoC Function according to rules and procedures of SIP/IP Core.


The PoC Server SHALL forward any other SIP response that does not contain SDP along the signalling path to the originating network according to rules and procedures of SIP/IP Core.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS session establishment mechanisms according to rules and procedures of  [3GPP TS 24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.3.2.3 PoC Session modifications


Upon receiving a SIP UPDATE request or a SIP re-INVITE request and when the PoC Server acts as a B2BUA during an active PoC Session the PoC Server: 


· 1. SHALL generate a SIP UPDATE request according to rules and procedures of [RFC3311] or a SIP re-INVITE request according to rules and procedures of [RFC3261]. A SIP UPDATE request MAY be used only if the PoC Server has indicated support for the SIP UPDATE method;

· 2. SHALL validate that the Media Parameters are acceptable to the PoC Client and if not reject the request with a SIP 406 "Not Acceptable" response. Otherwise continue with the rest of the steps;

· 3. SHALL include a MIME SDP body of a SIP UPDATE request or a SIP re-INVITE request with a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] with the new Media Parameters;

· 4. SHALL send the SIP request towards the PoC Client within the existing SIP dialog according to rules and procedures of the SIP / IP Core.

Editor’s note: Should  be added the case that other response than 200 "OK" 4XX is received from Client.


Upon receiving a SIP UPDATE request or a SIP re-INVITE request during an active PoC Session and when the PoC Server acts as a SIP proxy the PoC Server SHALL forward the SIP request according to rules and procedures of [RFC3261]. A SIP UPDATE request MAY be used only if the PoC Client has indicated support for the SIP UPDATE method.

On receipt of a SIP 200 "OK" response and when the PoC Server acts as a B2BUA the PoC Server:


· 1. SHALL generate a SIP 200 "OK" to the SIP UPDATE request or the SIP re-INVITE request according to rules and procedures of the [RFC3261];

· 2. SHALL include a MIME SDP body in the SIP 200 "OK" response as the SDP answer according to rules and procedures of [RFC3264] and [RFC2327] with the new Media Parameters;

· 3. SHALL send a SIP 200 "OK" response towards the PoC Server performing the Controlling PoC Function according to rules and procedures of SIP/IP Core;

· 4. SHALL if the PoC Server is in the media path, activate the Media Parameters received in the MIME SDP body as SDP answer as specified in [OMA-PoC-UP] "User Plane adaptation".

On receipt of a SIP 200 "OK" response and when the PoC Server acts as a SIP proxy the PoC Server SHALL forward the SIP 200 "OK" response according to rules and procedures of [RFC3261].

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS Session mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

7.3.2.4 SIP NOTIFY request


If the PoC Server performing the Participating PoC Function receives an incoming SIP NOTIFY request that is part of the same dialog as the previously sent SIP SUBSCRIBE request the PoC Server:


· 1. SHALL send the SIP NOTIFY request towards the PoC Client along the signalling path;

· 2. SHALL forward the response along the signalling path to the originating network when the Invited PoC Client responds and a response is received from the invited PoC Address.

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms and procedures according to rules and procedures of [ TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

7.3.2.5 SIP CANCEL request


Upon receiving a SIP CANCEL request from the PoC Server performing the Controlling PoC Function, a PoC Server acting as a B2BUA:


· 1. SHALL act as UAS according to rules and procedures of [RFC3261];


· 2. SHALL cancel the SIP INVITE request towards the PoC Client acting as UAC according to rules and procedures of [RFC 3261].

When acting as a SIP proxy rules and procedures as specified in [RFC3261] SHALL be applied.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

7.3.2.6 SIP BYE request


7.3.2.6.1 SIP BYE request – On-demand Session case


Upon receiving a SIP BYE request from the PoC Server performing the Controlling PoC Function a PoC Server acting as a B2BUA:


· 1. SHALL generate a SIP 200 "OK" response and send it towards the PoC Server performing the Controlling PoC Function according to rules and  procedures of the SIP/IP Core;


· 2. SHALL interact with the User Plane as specified in [OMA POC UP] "Participating PoC function procedures at PoC Session release";

· 3. SHALL release User Plane resource associated with the SIP Session with the PoC Server performing the Controlling PoC Function as specified in [OMA-PoC-UP] "Participating PoC Function procedures at Session release";


· 4. SHALL send a SIP BYE request towards the PoC Client according to rules and procedures of the SIP/IP Core.

Upon receiving a SIP 200 "OK" response  to the SIP BYE request the PoC Server SHALL release User Plane resources associated with the SIP Session with the PoC Client as specified in [OMA-PoC-UP] "Participating PoC Function procedures at PoC Session release".When acting as a SIP proxy rules and procedures as specified in [RFC3261] SHALL be applied.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.


7.3.2.6.2 SIP BYE request – Pre-established Session case


Upon receiving a SIP BYE request from the Controlling PoC Function the PoC Server: 


· 1. SHALL disconnect the Pre-established Session towards the PoC Client from the SIP session towards the Controlling PoC Function;


· 2. SHALL send a 200 "OK" response to the Controlling PoC Function;


· 3. SHALL disconnect the User Plane resources towards the PoC Client from the User Plane resources towards the Controlling PoC Function by interacting with the User Plane as specified in [OMA-PoC-UP] "Participating PoC function procedures at PoC Session release";


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

7.3.2.7 Group Advertisement request


Upon receipt of a SIP MESSAGE request containing the PoC feature-tag '+g.poc.groupad' in the Accept-Contact header  and a PoC Address in the Request -URI served by the PoC Server performing the Participating PoC Function the PoC Server: 


· 1. SHALL check the PoC User's access list (accept and reject lists) associated to the PoC Address received in the Request-URI. If the policy does not allow to continue the processing, the PoC Server performing the Participating PoC Function SHALL respond with a SIP 403 "Forbidden" response to the originating network. The response is sent along the signalling path. Otherwise, continue with the rest of the steps;


· 2. SHALL forward the SIP MESSAGE request towards the PoC Client according to rules and  procedures of the SIP/IP Core;

· 3. SHALL forward the SIP response as described below along the signalling path to the originating network when the invited PoC Client responds and a SIP response  is received from the invited PoC Address.


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

7.4 Handling of requests unrelated to PoC Sessions


7.4.1 Instant Personal Alert


7.4.1.1 Instant Personal Alert procedure at Originating PoC Server


Upon receipt of a SIP MESSAGE request containing the PoC feature-tag '+g.poc.talkburst' in the Accept-Contact header , the PoC Server:


· 1. SHALL check whether the Authenticated Originator's PoC Address is of a PoC User that is allowed to send an Instant Personal Alert and if it is not the PoC Server serving the originating PoC Client SHALL respond with a SIP 403 "Forbidden" response to the PoC Client . Otherwise, continue with the rest of the steps;


· 2. SHALL forward the SIP MESSAGE request to the SIP/IP Core.


Upon receiving a SIP final response PoC Server SHALL forward  the SIP final response along the signalling path towards the originating PoC Client.  


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms, according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause. 


7.4.1.2 Instant Personal Alert procedure at terminating PoC Server


Upon receipt of a SIP MESSAGE request containing the PoC  feature-tag  '+g.poc.talkburst' in the Accept-Contact header and the request includes a PoC Address in the Request-URI that is served by the PoC Server then, the PoC Server:


· 1. SHALL check the terminating PoC User's reject list associated to the PoC Address received in the Request-URI. If the policy does not allow continuing then the PoC Server performing the Participating PoC Function serving the terminating PoC Client SHALL respond with a SIP 403 "Forbidden" response to the originating network. Otherwise, continue with the rest of the steps;  


· 2. SHALL check the terminating PoC User's Incoming Instant Personal Alert Barring setting associated to the PoC Address received in the Request-URI. If the Incoming Instant Personal Alert Barring is activated the PoC Server performing the Participating PoC Function SHALL respond with a SIP 403 "Forbidden" response to the originating network.. The response is sent along the signalling path. Otherwise, continue with the rest of the steps;


· 3. SHALL forward the SIP MESSAGE request towards the PoC Client of the terminating PoC User according to rules and procedures of the SIP/IP Core.


Upon receiving a SIP final response PoC Server SHALL forward the SIP final response along the signalling path towards the originating PoC Client. 


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms, according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

7.5 Error Handling


7.5.1 Conference-factory URI does not exist


Upon receipt of a request that includes as the Request-URI a Conference-factory-URI that is not allocated in the PoC Server, the PoC Server SHALL return a SIP 404 "Not found" response.


7.5.2 Conference URI does not exist


Upon receipt of a SIP INVITE request that includes as the Request-URI a Conference URI that is not allocated in the PoC Server performing the Controlling PoC Function, the PoC Server SHALL return a SIP 404 "Not found" response.

Appendix A. Change History
(Informative)


A.1 Approved Version History


		Reference

		Date

		Description



		

		

		



		

		

		



		

		

		





A.2 Draft/Candidate Version 1.0 History 


		Document Identifier

		Date

		Sections

		Description



		OMA-CP-PoC-V1_0-20040123-D

		23.01.2004

		All

		The initial version of this document.



		OMA-CP-PoC-V1_0-20040130-D

		30.01.2004

		6,7,8, Annex A

		An example added.



		OMA-CP-PoC-V1_020040212-D

		12.02.2004

		All

		Proposed Reformat



		OMA-CP-PoC-V1_020040213-D

		13.02.2004

		6,7

		Revision based on comments



		OMA-CP-PoC-V1_020040224-D

		24.02.2004

		All

		Reformatted based on new template and clauses 6 and 7 moved to temporary informative appendix



		OMA-CP-PoC-V1_020040225-D

		25.02.2004

		All

		Revision based on comments



		OMA-CP-PoC-V1_020040305-D

		05.03.2004

		All

		Incorporated additional comments



		OMA-CP-PoC-V1_020040306-D

		06.03.2004

		5 6, Appendix 

		Minor editorials



		OMA-CP-PoC-V1_020040321-D

		21.03.2004

		TOC

		Corrected Table of Contents



		OMA-CP-PoC-V1_020040501-D

		01.05.2004

		Appendix D and E

		Incorporated agreed documents OMA-POC-2004-0110R01, OMA-POC-2004-0108R05, OMA-POC-2004-0109R01, OMA-POC-2004-0182R04, and OMA-POC-2004-0183R01.



		OMA-CP-PoC-V1_020040531-D

		31.05.2004

		Appendix E and F 

		Incorporated agreed documents OMA-POC-2004-0255R01, OMA-POC-2004-0268R02, OMA-POC-2004-0271R01, OMA-POC-2004-0272R01, OMA-POC-2004-0275R01, OMA-POC-2004-0245R02, OMA-POC-2004-0246R02, OMA-POC-2004-0260R01, OMA-POC-2004-0279R02, OMA-POC-2004-0287R02, OMA-POC-2004-0294R02, OMA-POC-2004-0295R01, OMA-POC-2004-0292R01, OMA-POC-2004-0286R01, OMA-POC-2004-0288R01, OMA-POC-2004-289R01, OMA-POC-2004-0297R01.



		OMA-CP-PoC-V1_020040607-D

		07.06.2004

		Appendix F

		Editorial correction to the subclause 7.2.2.1 in Appendix F. (The agreed contribution OMA-POC-2004-0287R02 was wrongly copied to the CP document.)



		OMA-CP-PoC-V1_020040701-D

		01.07.2004

		Appendix E and F

		Incorporated agreed documents: OMA-POC-2004-0340R02, OMA-POC-2004-0341R02, OMA-POC-2004-0348R01, OMA-POC-2004-0349R02, OMA-POC-2004-0365R02, OMA-POC-2004-0367R01, OMA-POC-2004-0368R01,OMA-POC-2004-0374R03, OMA-POC-2004-0375R02, OMA-POC-2004-0376R02, OMA-POC-2004-0377R02, OMA-POC-2004-0378R01, OMA-POC-2004-0379R01, OMA-POC-2004-0380R01, OMA-POC-2004-0388R01, OMA-POC-2004-0390R01, OMA-POC-2004-0391R01, OMA-POC-2004-0393, OMA-POC-2004-0407R01



		OMA-CP-PoC-V1_020040713-D

		13.07.2004

		Appendix E and F

		Incorporated agreed documents: OMA-POC-2004-350R02, OMA-POC-2004-351R02, OMA-POC-2004-352R02, OMA-POC-2004-353R02, OMA-POC-2004-366R02, OMA-POC-2004-389R02, OMA-POC-2004-394R01



		OMA-CP-PoC-V1_020040802-D

		03.08.2004

		1, Appendix E and F

		Incorporated agreed documents: OMA-POC-2004-342R04, OMA-POC-2004-356R03, OMA-POC-2004-395R02, OMA-POC-2004-426R01, OMA-POC-2004-427R01, OMA-POC-2004-435, OMA-POC-2004-438R01, OMA-POC-2004-439, OMA-POC-2004-440R01, OMA-POC-2004-443, OMA-POC-2004-454, OMA-POC-2004-455R01, OMA-POC-2004-457R01, OMA-POC-2004-463R01, OMA-POC-2004-475R01, OMA-POC-2004-477R01, OMA-POC-2004-478R02, OMA-POC-2004-479R01, OMA-POC-2004-480R01, OMA-POC-2004-491



		OMA-CP-PoC-V1_020040823-D

		27.08.2004

		2,3, Appendix C, D, E  and F

		Incorporated agreed documents: OMA-POC-2004-0494R04, OMA-POC-2004-0516R01, OMA-POC-2004-0518R02, OMA-POC-2004-0528R03, OMA-POC-2004-0573R03, OMA-POC-2004-0546R02, OMA-POC-2004-0557R01, OMA-POC-2004-0314R01, OMA-POC-2004-0315R01, OMA-POC-2004-0468R02, OMA-POC-2004-0517R03, OMA-POC-2004-0521R03, OMA-POC-2004-0522R03, OMA-POC-2004-0523, OMA-POC-2004-0525R02, OMA-POC-2004-0538R01, OMA-POC-2004-0538R01, OMA-POC-2004-0542R01, OMA-POC-2004-0547R02, OMA-POC-2004-0584R02, OMA-POC-2004-0537R03, OMA-POC-2004-0517R03, OMA-POC-2004-0554R02



		OMA-CP-PoC-V1_020040903-D

		03.09.2004

		Appendix E  and F

		Incorporated agreed documents: OMA-POC-2004-0524R03, OMA-POC-2004-0543R03, OMA-POC-2004-0597



		OMA-CP-PoC-V1_020040904-D

		04.09.2004

		Appendix E  and F

		Corrected implementation of documents: OMA-POC-2004-0525R02, OMA-POC-2004-0528R03



		OMA-CP-PoC-V1_020041005-D

		05.10.2004

		1,2,3,4,5, Appendix C, D, E  and F

		Incorporated agreed documents: OMA-POC-2004-0488R01, OMA-POC-2004-0489R02, OMA-POC-2004-0490R02, OMA-POC-2004-0605, OMA-POC-2004-0607R02, OMA-POC-2004-0608R01, OMA-POC-2004-0617R02, OMA-POC-2004-0618R02, OMA-POC-2004-0619R02, OMA-POC-2004-0623R01, OMA-POC-2004-0624R01, OMA-POC-2004-0625R01, OMA-POC-2004-0626, OMA-POC-2004-0627R01, OMA-POC-2004-0633R01, OMA-POC-2004-0642R01, OMA-POC-2004-0644R01, OMA-POC-2004-0647R03, OMA-POC-2004-0652R02, OMA-POC-2004-0654R01, OMA-POC-2004-0655R02, OMA-POC-2004-0663R01,  OMA-POC-2004-0667R02, OMA-POC-2004-0678R02, OMA-POC-2004-0684R02, OMA-POC-2004-0686R02, OMA-POC-2004-0690, OMA-POC-2004-0692, OMA-POC-2004-0697R02, OMA-POC-2004-0709R01, OMA-POC-2004-0710R01, OMA-POC-2004-0713R03, OMA-POC-2004-0716R01, OMA-POC-2004-0744R02



		OMA-CP-PoC-V1_020041010-D

		10.10.2004

		2, Appendix E and F

		Corrected implementation of documents: OMA-POC-2004-0619R02


Incorporated agreed documents: OMA-POC-2004-0637R01, OMA-POC-2004-0638R01,  OMA-POC-2004-0649R02



		OMA- PoC-Control-Plane-V1_0-20041010-D

		11.02.2004

		1,2,3, 4, 5, Appendix B,C,D, E and F

		Incorporated agreed documents: OMA-POC-2004-0464R04, OMA-POC-2004-0465R04, OMA-POC-2004-0467R03, OMA-POC-2004-0636R03, OMA-POC-2004-0646R05,OMA-POC-2004-0648R05, OMA-POC-2004-0650R03, OMA-POC-2004-0651R03, OMA-POC-2004-0665R02, OMA-POC-2004-0680R05, OMA-POC-2004-0714R03, OMA-POC-2004-0732R02, OMA-POC-2004-0733R02, OMA-POC-2004-0773R0, OMA-POC-2004-0797, OMA-POC-2004-0798R04, OMA-POC-2004-0802R01, OMA-POC-2004-0803R03, OMA-POC-2004-0820R02, OMA-POC-2004-0821R02, OMA-POC-2004-0830R02, OMA-POC-2004-0833R02, OMA-POC-2004-0835R02, OMA-POC-2004-0838R01, OMA-POC-2004-0845R02, OMA-POC-2004-0847R01, OMA-POC-2004-0848, OMA-POC-2004-0849R01, OMA-POC-2004-0850R01, OMA-POC-2004-0852R01, OMA-POC-2004-0862R02, OMA-POC-2004-0864R02, OMA-POC-2004-0870R01, OMA-POC-2004-0871R01, OMA-POC-2004-0877R03, OMA-POC-2004-0887R02, OMA-POC-2004-0888R01, OMA-POC-2004-0890R01, OMA-POC-2004-0914R01, OMA-POC-2004-0916R02, OMA-POC-2004-0920R01



		OMA-TS-PoC-ControlPlane-20041111

		11.11.04

		1,2,3, 4, 5, 6, 7, Appendix B,C,D, E and F,G

		Incorporated agreed documents: OMA-POC-2004-0863R02


Corrected implementation of documents: OMA-POC-2004-0648R05


Moved agreed stable subclauses from Appendix E and F to subclauses 6 and 7



		OMA-TS-PoC-ControlPlane-20041117

		11.17.04

		2, 3, 4, 5, 6, 7, Appendix A,B C, D, E F,G, and H

		Incorporated agreed documents: OMA-POC-2004-0866R03, OMA-POC-2004-0894R02, OMA-POC-2004-0917R1, OMA-POC-2004-0933R03, OMA-POC-2004-0934R01, OMA-POC-2004-0935R01, OMA-POC-2004-0937R02, OMA-POC-2004-0938R02, OMA-POC-2004-0946R02, OMA-POC-2004-0947R02, OMA-POC-2004-0949, OMA-POC-2004-0950R01, OMA-POC-2004-0951R02,OMA-POC-2004-0952, OMA-POC-2004-0953R02, OMA-POC-2004-0956R01, OMA-POC-2004-0957R02, OMA-POC-2004-0958R02, OMA-POC-2004-0959R01, OMA-POC-2004-0960R01, OMA-POC-2004-0963R02, OMA-POC-2004-0966R01, OMA-POC-2004-0968R04, OMA-POC-2004-0970R01, OMA-POC-2004-0972R02, OMA-POC-2004-0973, OMA-POC-2004-0974R01, OMA-POC-2004-0975R02, OMA-POC-2004-0977R01, OMA-POC-2004-0978R01, OMA-POC-2004-0979R01, OMA-POC-2004-0980R01, OMA-POC-2004-0981R01, OMA-POC-2004-0982R01, OMA-POC-2004-0983, OMA-POC-2004-0984R01, OMA-POC-2004-0986, OMA-POC-2004-0988R01, OMA-POC-2004-0989R01, OMA-POC-2004-0991R02, OMA-POC-2004-0993R01, OMA-POC-2004-1002R02, OMA-POC-2004-1003R02, OMA-POC-2004-1006R02, OMA-POC-2004-1021R02, OMA-POC-2004-1022R03, OMA-POC-2004-1024R01, OMA-POC-2004-1029R01, OMA-POC-2004-1032R01, OMA-POC-2004-1037R02, OMA-POC-2004-1046R01, OMA-POC-2004-1047, OMA-POC-2004-1048, OMA-POC-2004-1052R01 


Moved agreed stable subclauses from Appendix G and H to subclauses 6 and 7 and deleted Appendix G and H



		OMA-TS-PoC-ControlPlane-20050105-D

		05.01.2005

		All

		Editorial consistency review comments adopted.



		

		

		

		





Appendix B. Initial Filter Criteria                                           (Informative)


B.1 General


The 3GPP IMS/ 3GPP2 MMD SIP/IP Core uses initial Filter Criteria to determine the routing of initial SIP requests between the home network SIP/IP Core and Application Servers such as the PoC Server. The initial Filter Criteria is part of the user subscription information and represent the provisioned subscription of a user to an application(s). This clause is only informative because it is likely that the PoC service needs to be integrated with other SIP based services potentially hosted on different platforms from the PoC Server. In this case the initial Filter Criteria for the PoC service needs to be integrated with initial Filter Criteria for the other applications. 


If some other SIP/IP Core than 3GPP IMS/ 3GPP2 MMD that does not use initial Filter Criteria is used to deploy the PoC service then the logic identified here needs to be implemented by the SIP/IP Core to route the PoC related SIP requests to the PoC Server.


Further details on initial Filter Criteria are specified in [TS23.218] and [TS29.228].


B.2 Originating Filter Criteria


NOTE:  Originating Filter Criteria is indexed on the P-Asserted-Identity header.

CASE method="INVITE" AND header="Accept-Contact" = "+g.poc.talkburst"  



THEN: ROUTE request to the specified PoC Server Originating Port Address


CASE method="MESSAGE" AND header="Accept-Contact" = "+g.poc.talkburst"   



THEN: ROUTE request to the specified PoC Server Originating Port Address


CASE method="MESSAGE" AND header="Accept-Contact" = "+g.poc.groupad"  



THEN: ROUTE request to the specified PoC Server Originating Port Address


CASE method="SUBSCRIBE" AND header="Accept-Contact" = "+g.poc.talkburst"  


THEN:  ROUTE request to the specified PoC Server Originating Port Address


CASE method="PUBLISH" AND header="Accept-Contact" = "+g.poc.talkburst"   



THEN: ROUTE request to the specified PoC Server Originating Port Address.


B.3 Terminating Filter Criteria


NOTE:  Terminating Filter Criteria is indexed based on the Request-URI.


CASE method="INVITE" AND header="Accept-Contact" = "+g.poc.talkburst"  



THEN: ROUTE request to the specified PoC Server Terminating Port Address


CASE method="MESSAGE" AND header="Accept-Contact" = +g.poc.talkburst" 



THEN: ROUTE request to the specified PoC Server Terminating Port Address


CASE method="MESSAGE" AND header="Accept-Contact" = "+g.poc.groupad"  



THEN: ROUTE request to the specified PoC Server Terminating Port Address


CASE method="SUBSCRIBE" AND header="Accept-Contact" = "+g.poc.talkbusrt"  


THEN:  ROUTE request to the specified PoC Server Terminating Port Address


Appendix C. Documentation of SIP, SDP and XML extensions (Informative)


C.1 PoC content types


This sub-clause describes the PoC specific content types.


C.1.1 Group Advertisement


· Structure of the Group Advertisement Document


A Group Advertisement is an XML document that SHALL be well-formed and SHOULD be valid. Group Advertisement documents SHALL be based on XML 1.0 and be encoded using UTF-8. This specification makes use of XML namespaces for identifying Group Advertisement documents and document fragments. The namespace URI for elements defined by this specification is a URN, using the namespace identifier 'oma'. This URN is:


      urn:oma:params:xml:ns:poc:groupadvertisement


A Group Advertisement document begins with the root <group-advertisement> element. It consists of an optional <note> element that indicates some information to be rendered to the user, and a number of <group> elements. Each group element contains an optional 'type' attribute indicating the type of the group. The current list of defined values includes "dialed-in", "dialed-out", and "other". The value "other" is left for future expandability when new types are created that cannot be framed as either dialed-in or dialed-out.


NOTE:  In PoC service dialed-in type corresponds the chat PoC Group and dialed-out corresponds the prearranged PoC Group.


Each <group> element contains a <display-name> child element that contains the name of the group. The <uri> child element contains the URI of the group.


A Group Advertisement document shall be identified with the MIME content type "application/vnd.poc.group-advertisement+xml".


· Example of a Group Advertisement document


<?xml version="1.0" encoding="UTF-8"?>


<group-advertisement


      xmlns="urn:oma:params:xml:ns:poc:group-advertisement"


      xmlns:xsi="http://www.w3.org/2001/XMLSchema-instance"


      xsi:schemaLocation="urn:oma:params:xml:ns:poc:group-advertisement">


      <note>This group will meet next week</note>


      <group type="dialed-in">


           <display-name>Teleworkers</display-name>


           <uri>sip:group1@example.com</uri>


      </group>


</group-advertisement>


· XML schema for Group Advertisement


<?xml version="1.0" encoding="UTF-8"?>


<xs:schema


     targetNamespace="urn:oma:params:xml:ns:poc:group-advertisement"


     xmlns:xs="http://www.w3.org/2001/XMLSchema"


     xmlns="urn:oma:params:xml:ns:poc:group-advertisement"


     elementFormDefault="qualified"


     attributeFormDefault="unqualified">


   <xs:element name="group-advertisement" type="advertisementType"/>


   <xs:complexType name="advertisementType">


     <xs:sequence>


       <xs:element name="note" type="xs:string" minOccurs="0"/>


       <xs:element name="group" type="groupType" maxOccurs="unbounded"/>


     </xs:sequence>


   </xs:complexType>


   <xs:complexType name="groupType">


     <xs:sequence>


       <xs:element name="display-name" type="xs:string" minOccurs="0"/>


       <xs:element name="uri" type="xs:anyURI" maxOccurs="unbounded"/>


       <xs:any namespace="##other" processContents="lax"


               minOccurs="0" maxOccurs="unbounded"/>


     </xs:sequence>




     <xs:attribute name="type" use="optional">


       <xs:simpleType>


         <xs:restriction base="xs:string">


           <xs:enumeration value="dialed-in"/>


           <xs:enumeration value="dialed-out"/>


           <xs:enumeration value="other"/>


         </xs:restriction>


       </xs:simpleType>


     </xs:attribute>


     <xs:anyAttribute namespace="##other"/>


   </xs:complexType>


</xs:schema>


Editor's Note:  OMA should define the namespace for XML schemas. "urn:oma:params:xml:ns:poc:group-advertisement" is used here.   


Definitions:


note
advertisement text


display-name
group name


uri
URI of the PoC Group


dialed-in
corresponds the chat PoC Group


dialed-out
corresponds the prearranged PoC Group


other
place holder for future extensions


Editor's Note:  OMA should define the namespace for XML schemas. "urn:oma:params:xml:ns:poc:group-advertisement" is used here.   


C.2 PoC feature tags


This sub-clause describes the PoC feature-tags.


C.2.1 Talk Burst


Media feature-tag name: +g.poc.talkburst


ASN.1 Identifier: New assignment by IANA.


Summary of the media feature indicated by this tag:  This feature tag indicates that the device supports OMA Push To Talk over Cellular (PoC) Talk Burst Control.


Values appropriate for use with this feature tag: Boolean.


The feature tag is intended primarily for use in the following applications, protocols, services, or negotiation mechanisms: 


· This feature tag is most useful in a communications application, for describing the capabilities of a device, such as a phone or PDA.


Examples of typical use: Routing a call to a mobile phone that can support push to talk service.


Related standards or documents: OMA-CP-POC-V1_0


Security Considerations: Security considerations for this media feature tag are discussed in Section 11.1 of [RFC3840]. 


C.2.2 Group Advertisement


Media feature-tag name: +g.poc.groupad


ASN.1 Identifier: New assignment by IANA.


Summary of the media feature indicated by this tag:  This feature tag indicates that the device supports OMA Push To Talk over Cellular (PoC) Group Advertisements.


Values appropriate for use with this feature-tag: Boolean.


The feature tag is intended primarily for use in the following applications, protocols, services, or negotiation mechanisms: 


· This feature tag is most useful in a communications application, for describing the capabilities of a device, such as a phone or PDA.


Examples of typical use: Routing a Group Advertisement message to a mobile phone that can support PoC Group Advertisements.


Related standards or documents: OMA-CP-POC-V1_0


Security Considerations: Security considerations for this media feature tag are discussed in Section 11.1of [RFC3840]  


C.3 SDP extensions


C.3.1 Talk Burst Control Protocol MIME registration


This MIME registration covers transport over UDP. 


Type name:

Application


Subtype name:

TBCP


Required parameters: 
None


Optional parameters:


queuing: 
This parameter indicates that the optional queuing feature SHALL be used. Permissible values are 0 and 1.  If 1, queuing operation SHALL be used.  If 0 or if not present, no queuing operation is employed.


priority: 
This parameter indicates that priority levels MAY be used in Talk Burst Request messages and defines the priority that a PoC Client is allowed to specify.  The PoC Client SHALL be limited to the value of the maximum priority in the answer. The allowed values for priority are:


"0" – listen only 


"1" – normal priority 


"2" – high priority


"3" – preemptive priority


If not present, Talk Burst Request messages from the PoC Client are handled using normal priority. 


timestamp:
This parameter indicates that the optional timestamp feature MAY be used in Talk Burst Request messages. Permissible values are 0 and 1.  If 1, timestamp MAY be sent in the Talk Burst request message.  If 0 or if not present, timestamp SHALL NOT be sent.


tb_granted:     
This optional parameter indicates that permission to send a Talk Burst is being granted to the PoC Client.  This attribute SHALL only be set by the PoC Server performing the Controlling PoC Function.  Permissible values are 0 and 1.  If 1, the PoC Client, SHALL behave as if a TBCP Talk Burst Granted message had been received. If 0 or if not present, the PoC Client SHALL NOT behave as if the SDP is a TBCP message.


poc-group-scan: 
This parameter indicates that the optional session priority as it applies to handling of the media stream SHALL be used. Permissible values are 0 and 1.  If 1, primary session SHALL be used.  If 0 or if not present, secondary session is employed.


poc_ lock: 
This parameter indicates that session locking priority as it applies to handling of the media stream  MAY be used in Simultaneous Sessions .  Permissible values are 0 and 1.  If 1, locking SHALL be used.  If 0 or if not present, unlocking is employed.


Encoding considerations:
This type is defined for transfer over UDP and uses the same encoding as RTCP (RFC3550). 


Restrictions on usage:
None


Security considerations:
See Section 14 in RFC3550


Interoperability considerations:
None


Published specification:
OMA-CP-POC-V1_0

Applications which use this media type: OMA Push-to-Talk over Cellular applications


Additional information:
None


Intended usage:
 
COMMON 


C.3.1.1
Mapping TBCP MIME parameters into SDP


The information carried in the MIME application type has a specific mapping to fields in SDP and are used in a SDP offer and a SDP answer to negotiate the chosen talk burst control protocol and the talk burst control protocol options.


A TBCP connection SHALL be described by using an SDP m line. According to [RFC2327] the m-line format is the following:


m=<media> <port> <transport> <fmt list>


For TBCP: 


· The media type field (MIME type) SHALL have a value of "application". 


· The port field SHALL include the transport port for the TBCP. 


· The transport field SHALL have the value of "udp" 


· The format list field (MIME type) SHALL have the value of "TBCP".


NOTE: 
TBCP is the only talk burst control protocol specified in this release.  Future releases may specify additional talk burst control protocols that could be added to the format list.


The following is an example of an m line for a TBCP connection


m=application 20000 udp TBCP


TBCP options go in the SDP "a=fmtp" attribute by copying them directly from the MIME media type string as a semicolon separated list of parameter=value pairs. 


The following is an example of an attribute line for TBCP options.

a=fmtp:TBCP queuing=1; priority=2; timestamp=1; tb_granted=1; poc-group-scan=0; poc-lock=1


C.3.2 







· 

· 







· 

· 





C.4 General


C.4.1 Release version in User-agent and Server headers


User agent and Server headers are used to indicate the release version and product information of the PoC Clients and PoC Servers.


The UE and the PoC Server shall implement the User-Agent and Server headers, according to rules and procedures of [RFC3261] with the clarifications in this subclause specific for PoC.


The User-Agent and Server headers ABNF are specified in [RFC3261] and extended as follows:


Server = "Server" HCOLON server-val *(LWS server-val)


User-Agent =  "User-Agent" HCOLON server-val *(LWS server-val)


server-val =  product / comment


product  =  poc-product / token [SLASH product-version]


product-version = token


This specification allows having several server-val tags. The first of those server-val tags shall be encoding according to the following ABNF:


poc-product = "PoC-" poc-device-token (SLASH poc-product-version)


poc-device-token = "client" | "serv" | token


poc-product-version = "OMA1.0"

Where

client = PoC Client


serv = PoC Server


poc-product-version = OMA PoC release version


Example 1:


In this example PoC Client  acting as UAC and the PoC Server acting as UAS are OMA PoC release version 1.0 products. The PoC Client has inserted its own company and product name and version "Acme-Talk5000/v1.01".


User-Agent: PoC-client/OMA1.0 Acme-Talk5000/v1.01


Server: PoC-serv/OMA1.0 


Example 2:


In this example both the PoC Server acting as UAC and the PoC Client  acting as UAS are OMA PoC release version 1.0 products.


User-Agent: PoC-serv/OMA1.0


Server: PoC-client/OMA1.0

C.5 URI parameters


C.5.1 Session Type uri-parameter


Session Type uri-parameter is used to indicate the type of the PoC Session . The Session Type uri-parameter takes the form:


session"="sessiontype


sessiontype="adhoc" | "prearranged" | "chat" | "1-1"

Example 1:


In this example the Controlling PoC Server is inviting a PoC User to a Pre-arranged PoC Group.

 session=prearranged


Appendix D. Examples of signalling flows                          (Informative)


D.1 Unconfirmed indication using Pre-established Session


D.1.1 Originating flow


PoC Client A invites PoC Client B to a PoC Session by sending a SIP REFER request to the PoC Server. PoC Client A has created a Pre-established  Session by using the mechanisms specified in subclause 6.1.4.2.1 "PoC Client initates a Pre-established Session", and the PoC Client A has learned the URI that identifies this Session. This flow is as shown in Figure D.1.1. "PoC Client A invites another user to a Pre-established Session by sending a SIP REFER request to PoC Server A".




[image: image2.wmf]PoC Client A


SIP/IP Core A


PoC Server A


(participating)


PoC Client A Home Network


2.  REFER


7.  NOTIFY


9.  200 OK


1.  Pre-established session


3.  REFER


4.  202 Accepted


5.  202 Accepted


6.  Invite a user to the


pre-established PoC


session


8.  NOTIFY


10.  200 OK


11.  The invitation has


been accepted


12.  NOTIFY


14.  200 OK


13.  NOTIFY


15.  200 OK




Figure D.1.1 PoC Client A invites another user to a Pre-established Session by sending a SIP REFER request to PoC Server A


The steps of the flows are as follows: 


1.
PoC Client A creates a Pre-established Session


PoC Client A creates a Pre-established Session and learns its URI as specified in subclause 6.1.4.2.1. "PoC Client initates a Pre-established Session ".


2.
SIP REFER request (from PoC Client A to SIP/IP Core) 



The PoC Client A invites thePoC Client B to the Pre-established Session. 


The SIP REFER request does not contain a body.


3. 
SIP REFER request (from SIP/IP A Core to PoC Server A) 



The SIP/IP Core forwards the SIP REFER request to the PoC Server A performing the Participating PoC Function of the PoC Client A according to the SIP/IP Core A routing principles..


4.
SIP 202 "Accepted" response (from PoC Server A to SIP/IP Core A) 



The PoC Server A indicates that it has received the SIP REFER request by sending a SIP 202 "Accepted" response. This means that the PoC Server A has accepted the SIP REFER request and has started to process the request. This does not mean, however, that the PoC Client B (the referred-to resource) has been contacted. 


5.
SIP 202 "Accepted" response (from SIP/IP Core A to PoC Client A)



The SIP/IP Core A forwards the response to the PoC Client A.


6.
SIP INVITE request (from PoC Server A towards PoC Client B)



The PoC Server A invites the PoC User, who is indicated in the Refer-To header of the received SIP REFER request.


7.
SIP NOTIFY request (from PoC Server A to SIP/IP Core A) 



The PoC Server A sends a SIP NOTIFY request via the SIP/IP Core A towards the PoC Client A to inform about the progress of the SIP REFER request processing. The body of the SIP NOTIFY request contains a fragment of the response as received by the notifying PoC Server A for the request that was initiated due to the SIP REFER request. 


8.
SIP NOTIFY request (from SIP/IP Core to PoC Client A)



The SIP/IP Core A forwards the SIP NOTIFY request to the PoC Client A.


9.
SIP 200 "OK" response (from PoC Client A to SIP/IP Core A) 



The PoC Client A acknowledges the SIP NOTIFY request with a SIP 200 "OK" response to the SIP/IP Core A.


10.
 SIP 200 "OK" response (from SIP/IP Core A to PoC Server A)



The SIP/IP Core A forwards the SIP 200 "OK" response to PoC Server A.


11.
 Referred PoC User accepts the invitation to the PoC Session



The invitation sent towards the referred PoC User has been accepted and the PoC Client B has joined the PoC Session.


12.
 SIP NOTIFY request (from PoC Server A to SIP/IP Core A) 



The PoC Server A sends a SIP NOTIFY request that indicates that the PoC Client B is available and capable of receiving media. 


13.
 SIP NOTIFY request (from SIP/IP Core A to PoC Client A)


The SIP/IP Core A forwards the SIP NOTIFY request to the PoC Client A.


14.
 SIP 200 "OK" response (from PoC Client A to SIP/IP Core A)



The PoC Client A acknowledges the SIP NOTIFY request with a SIP 200 "OK" response to the SIP/IP Core A.


15.
 SIP 200 "OK" response (from SIP/IP Core A to PoC Server A)



The SIP/IP A Core forwards the SIP 200 "OK" response to the PoC Server A.


D.1.2 Terminating flow




PoC Server X invites the PoC Client B to a PoC Session by sending a SIP INVITE request to the terminating SIP/IP Core. The PoC Client B has created a Pre-established Session by using the mechanisms specified in subclause 6.1.4.2.1 "PoC Client initates a Pre-established Session".
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Figure D.1.2 PoC Server X invites PoC Client B that has a Pre-established Session and auto answer set

This flow shows a PoC Server X inviting a PoC User to a PoC Session. The flow is as shown in Figure D.1.2 "PoC Server X invites PoC Client B that has a Pre-established Session and auto answer set". The invitation may be as a result of another PoC User sending a SIP REFER request to the PoC Server X as shown in Figure D.1.1. "PoC Client A invites another user to a Pre-established Session by sending a SIP REFER request to PoC Server A". Note that the PoC Server A as shown in Figure D.1.1. "PoC Client A invites another user to a Pre-established Session by sending a SIP REFER request to PoC Server A" has changed its role and acts as the PoC Server X in this flow.


The steps of the flows are as follows: 


1.
PoC Client A initiates a PoC Session


PoC Client A initiates a PoC Session as specified in subclause 6.1.3.2.1. "PoC Client initates an Ad-hoc PoC Group Session and 1-1 PoC Session". 


2.  SIP INVITE request (PoC Server X to SIP/IP Core X)


 
The PoC Server X invites the PoC Client B to a PoC Session. This may happen as a result of another PoC User referring the PoC Client B to the PoC Server X. The PoC Server X sends a SIP INVITE request as specified in subclause 7.2.2.2  "PoC Session invitation request" via the SIP/IP Core X to the PoC Client B home network. The SIP INVITE request contains the SDP with the media information (e.g IP address and port number(s)) of the PoC Server X).


3.
SIP 100 "Trying" response (SIP/IP Core X to PoC Server X) 



The SIP/IP Core X responds to the SIP INVITE request with a SIP 100 "Trying" provisional response.


4.  SIP INVITE request (SIP/IP Core X to SIP/IP Core B)


 
The SIP/IP Core X resolves the SIP/IP Core B address of the PoC Client B and forwards the SIP INVITE request to the SIP/IP Core B.


5.
SIP 100 "Trying"  response (SIP/IP Core B to SIP/IP Core X) 



The SIP/IP Core B responds to the SIP INVITE request with a SIP 100 "Trying" provisional response.


6.  SIP INVITE request (SIP/IP Core B to PoC Server B)


 
The SIP/IP Core B forwards the SIP INVITE request to the PoC Server B. 


7.  SIP 100 "Trying"  response (PoC Server B to SIP/IP Core B) 



The PoC Server B responds to the SIP INVITE request with a SIP 100 "Trying" provisional response.


8.  SIP 200 "OK" response (PoC Server B to SIP/IP Core B) 



The PoC Server B receives the SIP INVITE request, identifies that auto answer is defined for the PoC Client B and that the PoC Client B has already a Pre-established Session established. Therefore the PoC Server B sends a SIP 200 "OK" final response to the SIP INVITE request to the SIP/IP Core B. The SIP 200 "OK" response is sent along the signalling path. The SIP 200 "OK" response contains the SDP payload including the media information (e.g. IP address and port number(s) of the PoC Server B). 


The PoC Server B informs the PoC Client B of the incoming invitation using Talk Burst control mechanism


9.  SIP 200 "OK" response (SIP/IP Core B to SIP/IP Core X) 



The SIP/IP Core B forwards the SIP 200 "OK" final response to the SIP/IP Core X. 


10.  SIP 200 "OK" response (SIP/IP Core X to PoC Server X) 



The SIP/IP Core X forwards the SIP 200 "OK" response to the PoC Server X. 


11.  The invitation towards the PoC Client B has been accepted 



The  PoC Server X sends a notification towards the PoC Client A that the Invited PoC User is available and capable of receiving the media.


12.  SIP ACK request (PoC Server X to SIP/IP Core X) 



The PoC Server X acknowledges the SIP 200 "OK" response with a SIP ACK request sent to the SIP/IP Core X.


13.  SIP ACK request (SIP/IP Core X to SIP/IP Core B) 



The SIP/IP Core X forwards the SIP ACK request to the SIP/IP Core B. 


14.  SIP ACK request (SIP/IP Core B to PoC Server B) 



The SIP/IP Core B forwards the SIP ACK request to the PoC Server B. 


101.  TBCP Talk Burst status (PoC Server X to PoC Server B) 



The PoC Server X informs the Talk Burst status to the PoC Server B. 


102.  TBCP Talk Burst status (PoC Server B to PoC Client B) 



The PoC Server B informs the Talk Burst status to the PoC Client B. 


D.2 PoC Client initiates a Pre-established Session


PoC Client A initiates a Pre-established  Session by sending a SIP INVITE request to a PoC Server performing the Participating PoC Function via SIP/IP Core as specified in sub-clause 6.1.4.2.1 "PoC Client initiates a Pre-established Session". This flow is shown as in Figure D.2.1. "PoC Client A initiates a Pre-established Session".
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Figure D.2.1 PoC Client A initiates a Pre-established Session 


The steps of the flows are as follows: 


1.
SIP INVITE request (from PoC Client A to SIP/IP Core A) 



The PoC Client A sends a SIP INVITE request with the Conference-factory-URI for the PoC service as the Request-URI to the SIP/IP Core A. The SIP INVITE request contains an SDP offer including necessary media parameters (e.g. PoC Client IP address, port number(s), supported codecs).


If the PoC Client is not able or willing to receive media streams immediately then the PoC Client A sets the media to "inactive" when generating the SDP offer.


2.
SIP 100 "Trying" response (from SIP/IP A Core to PoC Client A) 



The SIP/IP Core A indicates that it has received the SIP INVITE request by sending a 100 "Trying" provisional response.


3. 
SIP INVITE request (from SIP/IP Core A to PoC Server A) 



The SIP/IP Core A forwards the SIP INVITE request to the PoC Server A performing the Participating PoC Function for PoC Client A according to the SIP/IP Core A routing principles.


4.
SIP 100 "Trying"  response (from PoC Server A to SIP/IP Core A) 



The PoC Server A indicates that it has received the SIP INVITE request by sending a SIP 100"Trying" provisional response.


5.
SIP 200 "OK" response (from PoC Server A to SIP/IP Core A) 



The PoC Server A sends a SIP 200 "OK" as the final response to the SIP INVITE request via the SIP/IP Core A towards the PoC Client A to answer to the SDP offer. The SIP 200 "OK" response contains an SDP answer including necessary media parameters (e.g. PoC Server IP address, port number(s), supported codecs).


6.
SIP 200 (OK) response (from SIP/IP Core A to PoC Client A) 



The SIP/IP Core A forwards the SIP 200 "OK" to the PoC Client A. The PoC Client A stores the content of the Contact header as the Pre-established Session URI.


7.
SIP ACK request (from PoC Client A to SIP/IP Core A) 



The PoC Client A acknowledges the SIP 200 "OK" response with a SIP ACK request sent to the SIP/IP Core A.


8.
SIP ACK request (from SIP/IP Core A to PoC Server A) 



The SIP/IP Core A forwards the SIP ACK request to the PoC Server A.


D.3 Ad-hoc and 1-1 PoC Session establishment On-demand Session


D.3.1 Originating flow – unconfirmed indication


The signaling sequences in this subclause show the establishment of the Ad-hoc or 1-1 PoC Session using on-demand signaling in the originating side. As a prerequisite for the on-demand signaling, PoC Client needs to be registered.


This flow shows the signaling sequence for the unconfirmed case. In this case PoC Server performing the Controlling PoC Function, when unconfirmed response is received from the terminating side, sends a SIP 200 "OK" response to the PoC Client. The flow is as shown in Figure D.3.1. "Ad-hoc PoC Session establishment on the originating side using on-demand signaling, unconfirmed case".
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Figure D.3.1: Ad-hoc PoC Session establishment on the originating side using on-demand signaling, unconfirmed case


Editor’s Note:  Should be added the 200 OK from the terminating network to clarify that it is not transferred to the PoC Cleint A.  


The steps of the flow are as follows:


1.  SIP INVITE request (from PoC Client A to SIP/IP Core A) 


The PoC Client A sends a SIP INVITE request to the SIP/IP Core A.


2.  SIP 100 "Trying" response (from SIP/IP Core A to PoC Client A) 


The SIP/IP Core A returns a SIP 100 "Trying" response.


3.  SIP INVITE request (from SIP/IP Core A to PoC Server A) 


The SIP/IP Core A forwards the SIP INVITE request to the PoC Server A.


4.  SIP 100 "Trying"  response (from PoC Server A to SIP/IP Core A) 


 The PoC Server A sends a SIP 100 "Trying" response to the SIP/IP Core A.


5.  PoC Server A sends SIP INVITE requests towards the invited PoC Clients


 The PoC Server A sends SIP INVITE requests to the invited PoC Clients as shown in Figure D.4.2."PoC Session invitation with automatic answer ".

6.   PoC Server A receieves SIP 183 "Session Progress" response

The PoC Server A receives the first SIP 183 "Session Progress" response as shown in Figure D.4.2 "PoC Session invitation with automatic answer ".

7.  SIP 200 "OK"  response (from PoC Server A to SIP/IP Core A)

The PoC Server A sends a SIP 200 "OK" to SIP/IP Core A. (Optionally PoC Server A inserts Talk Burst granted indication into the SIP 200 "OK" response).

8.  SIP 200 "OK" response (from SIP/IP Core A to PoC Client A) 


The SIP/IP Core A forwards the 200 "OK" response to PoC Client A


9.  SIP ACK request (from PoC Client A to SIP/IP Core A) 


The PoC Client A sends a SIP ACK request to SIP/IP Core A


10.  SIP ACK request (from SIP/IP Core A to PoC Server A)

The SIP/IP Core A forwards the SIP ACK request to PoC Server A


101.  TBCP Talk Burst Granted (PoC Server A to PoC Client A) 


The PoC Server A sends TBCP Talk Burst Granted message to PoC Client A. This happens same time as step 7.


102.  PoC Client sends Media to PoC Server A


The PoC Client A sends RTP Media packets to PoC Server A


D.3.2 Originating flow – Confirmed Indication with manual answer


This flow shows the signaling sequence for the Confirmed indication case when the terminating side answers manually. The flow is as shown in Figure D.3.2. "Ad-hoc PoC Session establishment on the originating side using on-demand signaling, confirmed case".
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Figure D.3.2: Ad-hoc PoC Session establishment on the originating side using on-demand signaling, confirmed case manual answer

The steps of the flow are as follows:


       1.  SIP INVITE request (from PoC Client A to SIP/IP Core A) 


The PoC Client A sends a SIP INVITE request to SIP/IP Core A.


2.  SIP 100 "Trying" response (from SIP/IP Core A to PoC Client A) 


The SIP/IP Core A sends a SIP 100 "Trying" response to PoC Client A. 


3.  SIP INVITE request (from SIP/IP Core A to PoC Server A) 


The SIP/IP Core A forwards the SIP INVITE request to the PoC Server A. 


4.  SIP 100 "Trying"  response (from PoC Server A to SIP/IP Core A) 

The PoC Server A sends a SIP 100 "Trying" response to the SIP/IP Core A. 


5.  PoC Server A&X sends SIP INVITE requests towards the invited PoC Clients


The PoC Server A sends SIP INVITE requests to the invited PoC Clients as shown in Figure D.4.1.1. 


6.   PoC Server A receieves SIP 180 "Ringing" response

The PoC Server A receives the first SIP 180 "Ringing" response as shown in Figure D.4.1.2. 


7.  SIP 180 "Ringing"  response (from PoC Server A to SIP/IP Core A)

The PoC Server A sends the SIP 180 "Ringing" response to the SIP/IP Core A. 


8.  SIP 180 "Ringing" response (from SIP/IP Core A to PoC Client A) 

The SIP/IP Core A forwards the SIP 180 "Ringing" response to PoC Client A. 


9.   PoC Server A receieves SIP 200 "OK" response

The first SIP 200 "OK" response is received from the terminating PoC network

10.  SIP 200 "OK"  response (from PoC Server A to SIP/IP Core A)

The PoC Server A sends a SIP 200 "OK" response to SIP/IP Core A. (Optionally PoC Server A inserts TBCP Granted indication into the SIP 200 "OK" response). 


11.  SIP 200 "OK" response (from SIP/IP Core A to PoC Client A) 


The SIP/IP Core A forwards the SIP 200 "OK" response to PoC Client A. 


12.  SIP ACK request (from PoC Client A to SIP/IP Core A) 


The PoC Client A sends a SIP ACK request to SIP/IP Core A. 


13.  SIP ACK request (from SIP/IP Core A to PoC Server A)

The SIP/IP Core A forwards the SIP ACK request to PoC Server A


101.  TBCP Talk Burst Granted (PoC Server A to PoC Client A) 


The PoC Server A sends TBCP Talk Burst Granted message to PoC Client A. This happens same time is as step 10. 


102.  PoC Client sends Media to PoC Server A 


The PoC Client A sends RTP Media packets to PoC Server A


D.4 Ad-hoc and 1-1 PoC Session establishment On-demand Session


D.4.1 Terminating flow – Manual Answer


The signaling sequences in this subclause show the establishment of the Ad-hoc or 1-1 PoC Session using on-demand signaling in the originating side. As a prerequisite for the on-demand signaling, PoC Client needs to be registered.


This flow shows the signaling sequence for the manual answer case. The flow is as shown in Figure D.4.1. "PoC Session invitation with manual answer".
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Figure D.4.1: PoC Session invitation with manual answer


The steps of the flow are as follows: 


1.  PoC Server A&X receives invitation to invite PoC Client B 


PoC Server A&X receives Session Invitation to send SIP INVITE request to PoC Client B.


2.  SIP INVITE request (from PoC Server A&X to SIP/IP Core X) 

PoC Server A&X sends SIP INVITE request to SIP/IP X. 


3.  SIP 100 "Trying" response (from SIP/IP Core X to PoC Server A&X) 

SIP/IP Core X sends a SIP 100 "Trying" response to PoC Server A&X. 


4.  SIP INVITE request (from SIP/IP Core X to SIP/IP Core B) 

SIP/IP Core X forwards the SIP INVITE request to SIP/IP Core B. 


5.  SIP 100 "Trying" response (from SIP/IP Core B to SIP/IP Core X) 

SIP/IP Core B sends SIP 100 "Trying" response to SIP/IP Core X.


6.  SIP INVITE request (from SIP/IP Core B to PoC Server B) 

SIP/IP Core B forwards SIP INVITE request to PoC Server B.


7.  SIP 100 "Trying" response (from PoC Server B to SIP/IP Core B) 

PoC Server B sends a SIP 100 "Trying" response to SIP/IP Core B.


8.  SIP INVITE request (from PoC Server B to SIP/IP Core B) 

PoC Server B sends a SIP INVITE request to SIP/IP Core B. 


9.  SIP 100 "Trying" response (from SIP/IP Core B to PoC Server B) 

SIP/IP Core B sends a SIP 100 "Trying" response to PoC Server B. 


10.  SIP INVITE request (from SIP/IP Core B to PoC Client B) 

SIP/IP Core B forwards the SIP INVITE request to PoC Client B. 


11.  SIP 180 "Ringing"  response (from PoC Client B to SIP/IP Core B)

PoC Client B sends a SIP 180 "Ringing" response to SIP/IP Core B. 


12.  SIP 180 "Ringing"  response (from SIP/IP Core B to PoC Server B)

SIP/IP Core B forwards the SIP 180 "Ringing" response to PoC Server B. 


13.  SIP 180 "Ringing"  response (from PoC Server B to SIP/IP Core B) 


PoC Server B sends a SIP 180 "Ringing" response to SIP/IP Core B. 


14.  SIP 180 "Ringing"  response (from SIP/IP Core B to SIP/IP Core X)

SIP/IP Core B forwards the SIP 180 "Ringing" response to SIP/IP Core X. 


15.  SIP 180 "Ringing"  response (from SIP/IP Core X to PoC Server A&X)

SIP/IP Core X forwards the SIP 180 "Ringing" response to PoC Server A&X. 


16.  SIP 200 "OK"  response (from PoC Client B to SIP/IP Core B)

PoC Client B sends a SIP 200 "OK" response to SIP/IP Core B. 


17.  SIP 200 "OK"  response (from SIP/IP Core B to PoC Server B) 


SIP/IP Core B forwards the SIP 200 "OK" response to PoC Server B. 


18.  SIP 200 "OK"  response (from PoC Server B to SIP/IP Core B) 


PoC Server B sends a SIP 200 "OK" response to SIP/IP Core B. 


19.  SIP 200 "OK"  response (from SIP/IP Core B to SIP/IP Core X)

SIP/IP Core B forwards the SIP 200 "OK" response to SIP/IP Core X. 


20.  SIP 200 "OK"  response (from SIP/IP Core X to PoC Server A&X)

SIP/IP Core X forwards the SIP 200 "OK" response to PoC Server A&X. 


21.  SIP ACK request (from PoC Server A&X to SIP/IP Core X) 


PoC Server A&X sends a SIP ACK request to SIP/IP Core X.


22.  SIP ACK request (from SIP/IP Core X to SIP/IP Core B) 


SIP/IP Core X forwards the SIP ACK request to SIP/IP Core B. 


23.  SIP ACK request (from SIP/IP Core B to PoC Server B) 


SIP/IP Core B forwards the  SIP ACK request to PoC Server B.


24.  SIP ACK request (from PoC Server B to SIP/IP Core B) 


PoC Server B sends a SIP ACK request to SIP/IP Core B. 


25.  SIP ACK request (from SIP/IP Core B to PoC Client B) 


SIP/IP Core B forwards the  SIP ACK request to PoC Client B.


D.4.2 Terminating flow – Automatic Answer


This flow shows the automatic answer case. The flows is as shown in Figure D.4.2. "PoC Session invitation with automatic answer".
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Figure D.4. 2: PoC Session invitation with automatic answer


The steps of the flow are as follows:


1. PoC Server A&X is triggered to send SIP INVITE request to PoC Client B


2. PoC Server A&X sends SIP INVITE request


3. SIP/IP Core sends SIP 100 "Trying" response


4. SIP/IP Core forwards SIP INVITE request


5. SIP/IP Core sends SIP 100 "Trying" response


6. SIP/IP Core forwards SIP INVITE request


7. PoC Server B sends SIP 100 "Trying" response


8. PoC Server B sends SIP INVITE request


9. SIP/IP Core sends SIP 100 "Trying" response


10. SIP/IP Core forwards SIP INVITE request


11-13 PoC Server B sends SIP 183 "Session progress" response via signaling path to PoC Server A&X


14-16 If PoC Server B requested SIP 183 "Session progress" response to be sent reliably, PoC Server A&X sends a SIP PRACK request to the PoC Server B.


17-19 PoC Server B sends a SIP 200 "OK" for SIP PRACK request to the PoC Server A&X


20-24 PoC Client B sends  a SIP 200 "OK" response for the SIP INVITE request via signaling path to PoC Server X


25-29 PoC Server A&X sends a SIP ACK request


D.5 Instant Personal Alert


This subclause shows an example of how one PoC User can send an Instant Personal Alert to another PoC User. The example includes authorization and access control.


D.5.1 Originating flow 


This subclause describes the message flow between the sender of the Instant Personal Alert, i.e. the PoC Client A and the PoC Server A in the PoC Client A Home Network. The flow is as shown in Figure D.5.1. "PoC Client A sends an Instant Personal Alert to PoC Client B".
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NOTE: 
Authorization of the Instant Personal Alert in the PoC Server A is optional and included in the Figure for completeness.


Figure D.5.1: PoC Client A sends an Instant Personal Alert to PoC Client B


The steps of the flows are as follows:


1. The PoC Client A sends a SIP MESSAGE request to SIP/IP Core. The Request-URI includes the PoC Address of the PoC User B at a PoC Client B. The Accept-Contact header includes the feature-tag '+g.poc.talkburst'.


2. The SIP/IP Core A sends the SIP MESSAGE request to the PoC Server A based on the feature-tag '+g.poc.talkburst' in the Accept-Contact header.


3. The PoC Server A authorizes the PoC User A at the PoC Client A to send an Instant Personal Alert and initiates the sending of the Instant Personal Alert to the PoC Client B as described in subclause D.5.2 "Terminating flow".


4. The PoC Server A receives an acknowledgment from the PoC Client B Network that the PoC Client B has received the Instant Personal Alert.


5-6 A SIP 200 "OK" response is sent to the PoC Client A via SIP/IP Core A.


D.5.2 Terminating flow 


This subclause describes the message flow between the receiver of the Instant Personal Alert, i.e. the PoC Client B and the PoC Server B in the PoC Client B Home Network. The flow is as shown in Figure D.5.2. "PoC Client B receives an Instant Personal Alert from PoC Client A".
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NOTE: 
Access control of the Instant personal alert in the PoC Server B is optional and included in the figure for completeness.


Figure D.5.2: PoC Client B receives an Instant Personal Alert from PoC Client A


The steps of the flows are as follows:


1. The PoC Server A receives an authorized request from a PoC User A to send a PoC Alert to the PoC User B.


2. The PoC Server A sends a SIP MESSAGE request to the SIP/IP Core A. The Request-URI includes the PoC Address of the PoC User B and an Accept-Contact header with the feature-tag '+g.poc.talkburst'.


3. The SIP/IP Core sends the SIP MESSAGE request to the SIP/IP Core B based on the PoC Address of the PoC User B.


4. The SIP/IP Core B sends the SIP MESSAGE request to the PoC Server B based on the feature-tag '+g.poc.talkburst' in the Accept Contact.


5. The PoC Server B performs access control and determines that the PoC User A at the PoC Client A is authorized to send an Instant Personal Alert to the PoC User B. The PoC Server B sends the SIP MESSAGE request to the SIP/IP Core.


6. The SIP IP/Core B sends the SIP MESSAGE to the PoC Client B based on information stored during registration.


7-11 The PoC Client B sends a SIP 200 "OK" response in order to acknowledge that the Instant Personal Alert was received. The SIP 200 "OK" response is sent along the signalling path to the PoC Server A.


12. The PoC Server A sends the acknowledgment to the PoC Client A as shown in Figure D.5.1 "PoC Client A sends an Instant Personal Alert to PoC Client B". 


D.6 Event Subscriptions


This subclause shows an example on how one PoC User subscribes to Group event information during an ongoing PoC Group Session. The flow is as shown in Figure D.6. "A PoC Participant at the PoC Client A subscribes to event information".
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Figure D.6: A PoC Participant at the PoC Client A subscribes to event information


The steps of the flows are as follows:


1.
The PoC Client A sends the SIP SUBSCRIBE request to the SIP/IP Core. The SIP request includes the Group Identity of the PoC Group or the ad-hoc PoC Session Identity in the Request-URI and an Accept-Contact header with the feature-tag '+g.poc.talkburst'.


2.
The SIP/IP Core sends the SIP SUBSCRIBE request to the PoC Server A performing the Particpating PoC Function based on the feature-tag'+g.poc.talkburst'  in the Accept-Contact header.


3.
The PoC Server A performing the Particpating PoC Function does not recognise the Group Identity as its own and sends the SIP SUBSCRIBE request to the SIP/IP Core.


4.
The SIP/IP Core sends the SIP SUBSCRIBE request to the SIP/IP Core X based on the Request-URI.


5.
The SIP/IP Core X sends the SIP SUBSCRIBE request to the PoC Server X performing the Controlling PoC Function based on the Group Identity in the Request-URIand the feature-tag 'g.poc.talkburst' in the Accept-Contact header. The PoC Server X authorizes the PoC User at the PoC Client A to receive event information. The authorization may, for example, be based on membership in the PoC Group, number of PoC Users already subscribing to the event information or if the PoC User is a Participant in the ongoing PoC Session.


6-10. 
The authorization is successful and the PoC Server X performing the Controlling PoC Function) sends the SIP 200 "OK" response to the SIP SUBSCRIBE request towards the PoC Client A.


11-15 
The PoC Server X performing the Controlling PoC Function collects information about all participants in the PoC Session and sends a complete list of all Participants (referred to as a "full" output in the conference event package) in a SIP NOTIFY request towards the PoC Client A. 


16-20.  
The PoC Client A sends the SIP 200 "OK" response to the SIP NOTIFY request towards the PoC Server X performing the Controlling PoC Function.


NOTE:
The steps 21-31 only happen if the subscription is active.


21. A PoC Participant leaves the PoC Session.


22-26.    The PoC Server X performing the Controlling PoC Function sends a SIP NOTIFY request towards the PoC Client A. This time only information about the PoC Participant leaving the PoC Session is sent (referred to by the conference event package as a "partial" output).


27-31
The PoC Client A sends the SIP 200 "OK" response to the SIP NOTIFY request towards the PoC Server X performing the Controlling PoC Function.


D.7 Rejoin a PoC Group Session


D.7.1 Using on-demand signaling


The signaling flow is valid for rejoining an Ad-hoc Group PoC Session and a Pre-arranged PoC Group Session.


Prerequisites for the signaling flow are that the PoC Client has previously been a Participant in the PoC Group Session and that the PoC Group Session is still ongoing.


Figure D.7.1 "Rejoin a Group PoC Session" shows the signaling flow for the scenario
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Figure D.7.1 Rejoin a Group PoC Session.


Editor’s Note:  ACK is missing.  In some figures we have talk burst control messages in some other figures (like this) we don’t have.


The steps of the flows are as follows:


1. SIP INVITE request (from PoC Client A to SIP/IP Core A) 
The PoC Client receives a request from a PoC User to rejoin a Group PoC Session and sends a SIP INVITE request to the SIP/IP Core A. The SIP INVITE request includes the PoC Session Identity in the Request-URI.


2. SIP 100 "Trying" response (from SIP/IP Core A to PoC Client A) 
The SIP/IP Core A sends a SIP 100 "Trying" response to the PoC Client A.


3. SIP INVITE request (from SIP/IP Core A to PoC Server A) 
 The SIP/IP Core A sends the SIP INVITE request to the PoC Server A.


4. SIP 100 "Trying" response (from PoC Server A to SIP/IP Core A) 
The PoC Server A sends a SIP 100 "Trying" response to the SIP/IP Core A.


5. SIP INVITE request (from PoC Server A to SIP/IP Core A) 
Using the PoC Session Identity the PoC Server A determines that the Group PoC Session is hosted by another PoC Server and sends the SIP INVITE request to the SIP/IP Core A. The SIP INVITE request includes the PoC Session Identifier in the Request-URI.


6. SIP 100 "Trying" response (from SIP/IP Core A to PoC Server A) 
The SIP/IP Core A sends a SIP 100 "Trying" response to the PoC Server A.


7. SIP INVITE request (from SIP/IP Core A to SIP/IP Core X) 
Based on the PoC Session Identity in the Request-URI the SIP/IP Core A sends the SIP INVITE request to the SIP/IP Core X.


8. SIP 100 "Trying" response (from SIP/IP Core X to SIP/IP Core A) 
The SIP/IP Core X sends a SIP 100 "Trying" response to the SIP/IP Core A.


9. SIP INVITE request (from SIP/IP Core X to PoC Server X) 
 The SIP/IP Core X sends the SIP INVITE request to the PoC Server X.


10. SIP 100 "Trying" response (from PoC Server X to SIP/IP Core X) 
The PoC Server X sends the SIP 100 "Trying" response to the SIP/IP Core X.


11. SIP 200 "OK" response (from PoC Server X to SIP/IP Core X)
The PoC Server X authorizes the PoC Client A to rejoin to the PoC Group Session and sends the SIP 200 "OK" response to the SIP/IP Core.


13. SIP 200 "OK" response (from SIP/IP Core X to SIP/IP Core A)
The SIP/IP Core X sends the SIP 200 "OK" response to the SIP/IP Core A.


14. SIP 200 "OK" response (from SIP/IP Core A to PoC Server A)
The SIP/IP Core A sends the SIP 200 "OK" response to the SIP/IP Core A.


15. SIP 200 "OK" response (from PoC Server A to SIP/IP Core A)
The PoC Server A sends the SIP 200 "OK" response to SIP/IP Core A.


16. SIP 200 "OK" response (from SIP/IP Core A to PoC Client A)
The SIP/IP Core A sends the SIP 200 "OK" response to the PoC Client A.


D.8 Joining a Chat PoC Group Session


D.8.1 Using on-demand signaling


This subclause describes the successful joining to an ongoing Chat Group PoC Session using On-demand signaling.


NOTE:
The signaling flow is valid for joining an ongoing Pre-arranged PoC Group Session or a Chat Group Session. Joining a Pre-arranged Group Session case is a special case and happens when a PoC User makes an attempt to initiate a Pre-arranged PoC Group Session but a PoC Session is already ongoing for that Pre-arranged Group.


Figure D.8.1 "Joining a Chat PoC Group Session" shows the signaling flow for the scenario:




[image: image11.wmf]PoC Server A


(participating)


SIP/IP Core A


PoC Client A Home Network


PoC Client A


SIP/IP Core X


PoC Server X


(controlling)


PoC Server X Network


1. INVITE


3. INVITE


7. INVITE


12.  200 OK


15.  200 OK


Active PoC Group Session


9. INVITE


5. INVITE


13.  200 OK


14.  200 OK


11.  200 OK


2. 100 Trying


4. 100 Trying


6. 100 Trying


8. 100 Trying


10. 100 Trying


B. Talk Burst Control (TBCP) message


A. Talk Burst Control (TBCP) message




Figure D.8.1 Joining a Chat PoC Group Session.


Editor’s Note:  ACK is missing !  


The steps of the flows are as follows:


1. SIP INVITE request (from PoC Client A to SIP/IP Core A)
The PoC Client receives a request from the PoC User to join a Group PoC Session and sends a SIP INVITE request to the SIP/IP Core A. The SIP INVITE request includes the PoC Group Identity in the Request-URI.


2. SIP 100 "Trying" response (from SIP/IP Core A to PoC Client A) 
The SIP/IP Core A sends a SIP 100 "Trying" response to the PoC Client A.


3. SIP INVITE request (from SIP/IP Core A to PoC Server A) 
The SIP/IP Core A sends the SIP INVITE request to the PoC Server A.


4. SIP 100 "Trying" response (from PoC Server A to SIP/IP Core A) 
The PoC Server A sends a SIP 100 "Trying" response to the SIP/IP Core A.


5. SIP INVITE request (from PoC Server A to SIP/IP Core A) 
Using the PoC Group Identity the PoC Server A determines that the Chat PoC Group is hosted by another PoC Server and sends the SIP INVITE request to the SIP/IP Core A. The SIP INVITE request includes the PoC Group Identifier in the Request-URI.


6. SIP 100 "Trying" response (from SIP/IP Core A to PoC Server A) 
The SIP/IP Core A sends a SIP 100 "Trying" response to the PoC Server A.


7. SIP INVITE request (from SIP/IP Core A to SIP/IP Core X) 
Based on the PoC Group Identity in the Request-URI the SIP/IP Core A sends the SIP INVITE request to the SIP/IP Core X.


8. SIP 100 "Trying" response (from SIP/IP Core X to SIP/IP Core A) 
The SIP/IP Core X sends a SIP 100 "Trying" response to the SIP/IP Core A.


9. SIP INVITE request (from SIP/IP Core X to PoC Server X) 
The SIP/IP Core X sends the SIP INVITE request to the PoC Server X.


10. SIP 100 "Trying" response (from PoC Server X to SIP/IP Core X) 
The PoC Server X sends the SIP 100 "Trying" response to the SIP/IP Core X.


11. SIP 200 "OK" response (from PoC Server X to SIP/IP Core X)
The PoC Server X authorizes the PoC Client A to rejoin to the PoC Group Session and sends the SIP 200 "OK" response to the SIP/IP Core.


12. SIP 200 "OK" response (from SIP/IP Core X to SIP/IP Core A)
The SIP/IP Core X sends the SIP 200 "OK" response to the SIP/IP Core A.


13. SIP 200 "OK" response (from SIP/IP Core A to PoC Server A)
The SIP/IP Core A sends the SIP 200 "OK" response to the SIP/IP Core A.


14. SIP 200 "OK" response (from PoC Server A to SIP/IP Core A)
The PoC Server A sends the SIP 200 "OK" response to SIP/IP Core A.


15. SIP 200 "OK" response (from SIP/IP Core A to PoC Client A)
The SIP/IP Core A sends the SIP 200 "OK" response to the PoC Client A.


A.
TBCP Talk Burst Control message (from PoC Server X to PoC Server A)
The PoC Server X sends a TBCP Talk Burst Control message (i.e. one of the TBCP Talk Burst Granted message, TBCP Talk Burst Deny message, TBCP Talk Burst Taken message or TBCP Talk Burst Idle message) to the PoC Server A.


B.
TBCP Talk Burst Control message (from PoC Server A to PoC Client A)
The PoC Server A sends the TBCP Talk Burst Control message to the PoC Client A.


D.9 SIP registration and publication of PoC-settings event


PoC Client A registers with SIP/IP Core A. PoC Client A publishes it's current PoC Settings (ISB and AM) to PoC Server A. This flow is as shown in Figure D.9.1 " PoC Client A SIP registers with the SIP/IP Core, PoC and PoC Client A publishes PoC settings".



[image: image12.wmf]PoC Client A


SIP/IP Core A


PoC Server A


(participating)


PoC Client A Home Network


1.  REGISTER


3.  REGISTER


2.  401 Unauthorised


4.  200 OK


5.  PUBLISH


8.  200 OK


6.  PUBLISH


9.  Storage of ISB and


AM settings for PoC


User A


7.  200 OK




Figure D.9.1 PoC Client A SIP registers with the SIP/IP Core and PoC Client A publishes PoC settings

The steps of the flows are as follows: 


1.
SIP REGISTER request (from PoC Client A to SIP/IP Core A) 



The PoC Client A sends a SIP REGISTER request containing the feature-tag '+g.poc.talkburst' in the contact header to the SIP/IP Core A. 


2. 
SIP 401 "Unauthorized" response (from SIP/IP A Core to PoC Client A) 



The SIP/IP Core A requires authentication of the registration of PoC Client A and responds with a SIP 401"Unauthorized" response containing an authentication challenge in the WWW-Authenticate header.


3.
SIP REGISTER request (from PoC Client A to SIP/IP Core A) 



The PoC Client A sends another SIP REGISTER request containing the feature-tag '+g.poc.talkburst' in the contact header and the authentication response in the Authorization header to the SIP/IP Core A. 


4.
SIP 200 "OK" response (from SIP/IP Core A to PoC Client A)



The SIP/IP Core A acknowledges the SIP REGISTER request with a SIP 200 "OK" response to the PoC Client A. 

5.
SIP PUBLISH request (from PoC Client A to SIP/IP Core A)



The PoC Client A publishes the current PoC Settings of PoC Client A by sending a SIP PUBLISH request for the event package "poc-settings" to SIP/IP Core A. This is the normal scenario as the PoC Server has no PoC settings until published by the PoC Client, however in the case that more than one PoC Client is registered for the same PoC User the PoC Client may (possibly through interaction with the PoC User) determine not to override the current PoC settings.


6.
 SIP PUBLISH request (from SIP/IP Core A to PoC Server A)


The SIP/IP Core A forwards the SIP PUBLISH request to the PoC Server A.


7.
 SIP 200 "OK" response (from PoC Server A to SIP/IP Core A)



The PoC Client A acknowledges the SIP PUBLISH request with a SIP 200 "OK" response to the SIP/IP Core A.


8.
 SIP 200 "OK" response (from SIP/IP Core A to PoC Client A)



The SIP/IP A Core forwards the SIP 200 "OK" response to the PoC Client A. 


9.
 PoC Server A stores the PoC settings for PoC User A



PoC Server A stores the PoC settings for PoC User A from the body of the SIP PUBLISH request from step 6. 


Appendix E. The parameters to be provisioned for PoC service  (Normative)          

This Appendix describes the parameters that are needed for initiation of PoC service, as well as continues provisioning by service provider. These parameters are specified in Client Provisioning Application Characteristics document (AC file) and Device Management Management Object (DM MOs). The bootstrap function specfied in [Provisioning Bootstrap] and [OMA DM] SHALL be used to enforce the security of provisioning.  Existing parameters in [Provisioning Content] and [OMA DM] are re-used; those without corresponding parameters are defined in present specification and to be registered in OMNA through OMA official registration proceduress.  


· 1. APPID (Application ID): The application characteristics name for this application, to be used by DM Client to uniquely identify the application.

· 2. PROVIDER-ID: provides an identifier for the application service access point described by an APPLICATION characteristic. 


· 3. NAME: Application name. To be displayed in equipment, it's specific for each service provider.


· 4. TO-NAPID: This parameter allows an application to refer to a network access point with a matching NAPID parameter. It is only possible to refer to network access points defined within the same provisioning document.


· 5. TO-APPREF: The TO-APPREF parameter links the APPLICATION characteristics to another secondary APPLICATION characteristic with a matching APPREF parameter.

· 6. Conference Factory URI: A SIP URI used for setting up an Ad-hoc PoC Group or 1-1 PoC Session.


· 7. Max Ad-hoc Group size: Maximum number of group members allowed for an Ad-hoc PoC Group PoC Session.


· 8. Pre-established Session support: A flag to inform whether the PoC Server supports the Pre-established Session functionality


· 9. Support for Simultaneous Sessions: A flag to inform whether the PoC Server supports Simultaneous Sessions functionality


· 10. Talk burst release timer: This parameter indicates the value of the talk burst release timer (T10) in milliseconds

· 11. Talk burst request timer: This parameter indicates the value of the talk burst request timer (T11) in milliseconds

· 12. PoC client end RTP media timer: This parameter indicates the value of the talk burst request timer (T13) in milliseconds

NOTE:
The parameters 10 - 12 are parameters needed for OMA PoC UP procedures. 


The parameters from 6 - 12 are defined in the present specification for PoC service. They are to be registered in OMNA.

The PoC Client SHALL have provisioned parameters 1, 3, 4, 5, 6, 7, 8, 9, 10 and 11 and the PoC Client SHOULD have the parameters 2 and 12 provisioned. These parameters SHALL be obtained via the DM-1 reference point, from the data which is provisioned to the DM Client as specified in [Provisioning Content] and [OMA DM].

Appendix F. Static Conformance Requirements (SCR)     (Informative)


Annex F defines the MANDATORY (M) and OPTIONAL (O) PoC Control Plane (CP) functionality static conformance requirements (SCR). Mandatory Group Management Service Enabler (GMSE) and optional Presence Service Enabler (PRSE) functions, as required for the PoC enabler, are also referenced in these tables. 


F.1 PoC Client functions


F.1.1 High level external dependencies


		Item

		Function

		Reference

		Status

		Requirement



		PoCCPSpec-CHL-C-001

		ERELD 

		[OMA POC ERELD]

		M

		ERELD:MCF





F.1.2 PoC Client originating procedures


		Item

		Function

		Reference

		Status

		Requirement



		PoCCPSpec-COP-C-001

		General registration to SIP/IP Core

		6.1.1.1

		M

		PoCCPSpec-COP-C-002 OR PoCCPSpec-COP-C-003



		PoCCPSpec-COP-C-002

		Registration per 3GPP IMS

		6.1.1.2

		O

		



		PoCCPSpec-COP-C-003

		Registration per 3GPP2 MMD

		6.1.1.2

		O

		



		PoCCPSpec-COP-C-004

		Deregister with options

		6.1.1.3

		M

		





F.1.3 PoC service settings procedure


		Item

		Function

		Reference

		Status

		Requirement



		PoCCPSpec-CSP-C-001

		PoC service Setting Procedure – initiation of SIP PUBLISH request 

		6.1.2

		M

		



		PoCCPSpec-CSP-C-002

		Indication of setting results after receiving SIP 200OK response 

		6.1.2

		O

		





F.1.4 PoC Session initiation


		Item

		Function

		Reference

		Status

		Requirement



		PoCCPSpec-CSI-C-001

		General Initiation –  SIP INVITE request

		6.1.3.1

		M

		



		PoCCPSpec-CSI-C-002

		SIP Session Timer

		6.1.3.1

		M

		



		PoCCPSpec-CSI-C-003

		Pre-established Session establishment

		6.1.3.2

		O

		PoCCPSpec-CSI-C-004 AND  


PoCCPSpec-CSI-C-005


AND 


PoCCPSpec-CSI-C-006



		PoCCPSpec-CSI-C-004

		PoC Client Pre-established Session initiation

		6.1.3.2.1

		O

		PoCCPSpec-CSI-C-003



		PoCCPSpec-CSI-C-005

		PoC Client Ad-hoc PoC Group Session AND 1-1 PoC Session initiation (receiving SIP REFER request)

		6.1.3.2.2

		O

		PoCCPSpec-CSI-C-003 AND


PoCCPSpec-CSI-C-004



		PoCCPSpec-CSI-C-006

		Display of indication to PoC user of acceptance/rejection of PoC Session

		6.1.3.2.2


6.1.3.2.3




		O

		PoCCPSpec-CSI-C-003


AND 


PoCCPSpec-CSI-C-004



		PoCCPSpec-CSI-C-007

		PoC Client Pre-arranged OR Chat PoC Group Session (receiving SIP REFER request)

		6.1.3.2.3

		O

		PoCCPSpec-CSI-C-003



		PoCCPSpec-CSI-C-008

		PoC Client terminates a Pre-established Session

		6.1.3.2.4

		O

		PoCCPSpec-CSI-C-003



		PoCCPSpec-CSI-C-009

		Establishment of an On-Demand Session

		6.1.3.3

		M

		



		PoCCPSpec-CSI-C-010

		Ad-hoc PoC Group Session and 1-1 PoC Session setup (receiving request)

		6.1.3.3.1

		M

		



		PoCCPSpec-CSI-C-011

		Ad-hoc PoC Group Session and 1-1 PoC Session setup (receiving SIP 180 Ringing response)

		6.1.3.3.1

		O

		



		PoCCPSpec-CSI-C-012

		Ad-hoc PoC Group Session and 1-1 PoC Session setup (receiving SIP 200OK response)

		6.1.3.3.1

		M

		



		PoCCPSpec-CSI-C-013

		Pre-arranged PoC Group Session setup

		6.1.3.3.2

		M

		



		PoCCPSpec-CSI-C-014

		Chat(?) PoC Group Session setup

		6.1.3.3.3

		M

		





F.1.5 PoC Session Modification


		Item

		Function

		Reference

		Status

		Requirement



		PoCCPSpec-CSM-C-001

		General Procedures 

		6.1.4.1

		M

		



		PoCCPSpec-CSM-C-002

		General Procedures – SIP INVITE request

		6.1.4.1

		M

		



		PoCCPSpec-CSM-C-003

		General Procedures – SIP UPDATE request

		6.1.4.1

		O

		



		PoCCPSpec-CSM-C-004

		PoC Client placing media on hold

		6.1.4.2

		O

		



		PoCCPSpec-CSM-C-005

		PoC Client placing media off hold

		6.1.4.3

		O

		



		PoCCPSpec-CSM-C-006

		User plane adaptation: Modifying media capabilities during an ongoing PoC Session

		6.1.4.4

		O

		



		PoCCPSpec-CSM-C-007

		SIP Session refresh

		6.1.4.5

		M

		





F.1.6 PoC Client re-joining a PoC Session


		Item

		Function

		Reference

		Status

		Requirement



		PoCCPSpec-CRS-C-001

		On-demand Session

		6.1.5.1

		M

		



		PoCCPSpec-CRS-C-002

		Pre-established Session

		6.1.5.2

		O

		PoCCPSpec-CSI-C-003





F.1.7 PoC Client leaving a PoC Session


		Item

		Function

		Reference

		Status

		Requirement



		PoCCPSpec-CLS-C-001

		Leaving a PoC Session - on-demand case: Release the floor

		6.1.6.1

		O

		



		PoCCPSpec-CLS-C-002

		Leaving a PoC Session - on-demand case: SIP BYE 

		6.1.6.1

		M

		



		PoCCPSpec-CLS-C-003

		Leaving a PoC Session – pre-established case: Generate SIP REFER 

		6.1.6.2

		O

		PoCCPSpec-CSI-C-003



		PoCCPSpec-CLS-C-004

		Leaving a PoC Session – pre-established case: receive SIP NOTIFY 

		6.1.6.2

		O

		PoCCPSpec-CSI-C-003



		PoCCPSpec-CLS-C-005

		Leaving a PoC Session – display information contained in SIP NOTIFY 

		6.1.6.2

		O

		PoCCPSpec-CLS-C-004





F.1.8 PoC Session unrelated operations for PoC Client Initiating Procedures


		Item

		Function

		Reference

		Status

		Requirement



		PoCCPSpec-CUO-C-001

		PoC Client Adding a User to a PoC Session (SIP REFER)

		6.1.7

		M

		



		PoCCPSpec-CUO-C-002

		PoC Client Sending an Instant Personal Alert (sending SIP MESSAGE)

		6.1.8

		O

		



		PoCCPSpec-CUO-C-003

		PoC Client Sending a Group Advertisement (sending SIP MESSAGE)

		6.1.9

		O

		



		PoCCPSpec-CUO-C-004

		PoC Client Subscription to the Conference State Event Package ( sending SIP SUBSCRIBE request)

		6.1.10

		O

		



		PoCCPSpec-CUO-C-006

		Canceling a PoC Session initiation - on-demand case

		6.1.11.1

		M

		



		PoCCPSpec-CUO-C-007

		Simultaneous Session Control Procedures

		6.1.12

		O

		



		PoCCPSpec-CUO-C-008

		Simultaneous Session control: PoC Client Setting Session Priority indicating with SDP attribute

		6.1.12.1

		O

		



		PoCCPSpec-CUO-C-009

		Simultaneous Session control: PoC Client handling for PoC Session locking in a particular PoC Session

		6.1.12.2

		O

		





F.1.9 PoC Client terminating procedures


		Item

		Function

		Reference

		Status

		Requirement



		PoCCPSpec-CTP-C-001

		PoC Client invited to a PoC Session: General INVITE procedure

		6.2.1.1

		M

		



		PoCCPSpec-CTP-C-002

		PoC Client invited to a PoC Session: Auto-answer 

		6.2.1.2

		O

		



		PoCCPSpec-CTP-C-003

		PoC Client invited to a PoC Session: Manual-answer 

		6.2.1.3

		M

		



		PoCCPSpec-CTP-C-004

		PoC Client invited to a PoC Session: Manual-answer-override

		6.2.1.4

		O

		



		PoCCPSpec-CTP-C-005

		PoC Client receiving a PoC Session Modification Request (send 200OK after receiving UPDATE or re-INVITE)

		6.2.2

		O

		IPoCCPSpec-CSM-C-003



		PoCCPSpec-CTP-C-006

		PoC Client receiving a PoC Session Release Request: On-demand case

		6.2.3.1

		M

		



		PoCCPSpec-CTP-C-007

		PoC Client receiving a PoC Session Release Request: Pre-established case

		6.2.3.2

		O

		



		PoCCPSpec-CTP-C-008

		PoC Client receiving an Instant Personal Alert: receiving SIP MESSAGE

		6.2.4

		M

		



		PoCCPSpec-CTP-C-009

		PoC Client receiving an Instant Personal Alert: initiating 1-1 PoC Session

		6.2.4

		O

		



		PoCCPSpec-CTP-C-010

		PoC Client Receiving a Group Advertisement

		6.2.5

		O

		



		PoCCPSpec-CTP-C-011

		PoC Session Cancel request: On-demand case (receiving SIP CANCEL)

		6.2.6.1

		M

		



		PoCCPSpec-CTP-C-012

		Simultaneous Session Control Procedures

		6.2.7

		O

		



		PoCCPSpec-CTP-C-013

		PoC Client setting  the PoC Session priority in SDP payload

		6.2.7.1

		O

		PoCCPSpec-CUO-C-008



		PoCCPSpec-CTP-C-014

		PoC Client handling for PoC Session locking in a particular PoC Session

		6.2.7.2

		O

		PoCCPSpec-CUO-C-009





F.2 PoC Server functions


F.2.1 General


F.2.2 High level dependencies


		Item

		Function

		Reference

		Status

		Requirement



		PoCCPSpec-CHL-S-001

		ERELD 

		[OMA POC ERELD]

		M

		ERELD:MSF





F.2.3 Role establishment


		Item

		Function

		Reference

		Status

		Requirement



		PoCCPSpec-CRE-S-001

		Determination of PoC Server role as a participating and/or controlling PoC function

		7.1

		M

		





F.2.4 PoC Session unrelated operations


		Item

		Function

		Reference

		Status

		Requirement



		PoCCPSpec-CUO-S-001

		Instant Personal Alert procedure at originating PoC Server

		7.4.1.1

		M

		 



		PoCCPSpec-CUO-S-002

		Instant Personal Alert procedure at terminating PoC Server

		7.4.1.2

		M

		 





F.2.5 Error Handling


		Item

		Function

		Reference

		Status

		Requirement



		PoCCPSpec-CEH-S-001

		Handling of a request URI of a Conference Factory URI that is not allocated on server

		7.5.1

		M

		 



		PoCCPSpec-CEH-S-002

		Handling of a SIP INVITE with a request URI of a Conference URI that is not allocated on server performing the Controlling PoC Function

		7.5.2

		M

		 





F.2.6 PoC Server performing the Participating PoC Function


F.2.6.1
Processing requests initiated by Served User

		Item

		Function

		Reference

		Status

		Requirement



		PoCCPSpec-PIR-S-001

		General process for SIP INVITE requests and SIP 200 OK responses  

		7.3.1.1

		M

		PoCCPSpec-CEH-S-001



		PoCCPSpec-PIR-S-002

		Respond to Pre-established Session initiation requests 

		7.3.1.2

		M

		PoCCPSpec-PIR-S-003


OR


PoCCPSpec-PIR-S-004



		PoCCPSpec-PIR-S-003

		Respond to Pre-established Session requests with SIP "403" Forbidden response if feature is not supported

		7.3.1.2

		O

		



		PoCCPSpec-PIR-S-004

		Respond to Pre-established Session requests for case where feature is supported

		7.3.1.2

		O

		PoCCPSpec-PIR-S-005


AND


PoCCPSpec-PIR-S-007


AND


PoCCPSpec-PIR-S-012


AND


PoCCPSpec-PIR-S-014 AND


PoCCPSpec-PIR-S-015 AND


PoCCPSpec-PTR-S-004 AND


PoCCPSpec-PTR-S-009



		PoCCPSpec-PIR-S-005

		Pre-established Session modification request to change media capabilities while not in a PoC Session

		7.3.1.3

		O

		PoCCPSpec-PIR-S-004



		PoCCPSpec-PIR-S-006

		PoC Session Initiation using On-demand Session

		7.3.1.4

		M

		



		PoCCPSpec-PIR-S-007

		PoC Session Initiation Using Pre-established Session

		7.3.1.5

		O

		PoCCPSpec-PIR-S-004



		PoCCPSpec-PIR-S-008

		PoC Session Modification request during an ongoing session

		7.3.1.6

		M

		



		PoCCPSpec-PIR-S-009

		SIP SUBSCRIBE requests containing URIs not hosted at this server

		7.3.1.7

		M

		



		PoCCPSpec-PIR-S-010

		SIP REFER request containing URIs not hosted at this server 

		7.3.1.8

		M

		PoCCPSpec-PIR-S-011


OR


PoCCPSpec-PIR-S-012



		PoCCPSpec-PIR-S-011

		Respond to SIP REFER requests with a 4xx response when Pre-established Session is not supported 

		7.3.1.8

		O

		? is it a copy of 003 ( check



		PoCCPSpec-PIR-S-012

		Responding to SIP REFERrequests when Pre-established sSession is supported

		7.3.1.8

		O

		PoCCPSpec-PIR-S-004





		PoCCPSpec-PIR-S-013

		SIP CANCEL Request

		7.3.1.9

		M

		



		PoCCPSpec-PIR-S-014

		SIP BYE request (On- demand Session)

		7.3.1.10.1

		M

		



		PoCCPSpec-PIR-S-015

		SIP REFER with method set to BYE (Pre-established Session)

		7.3.1.10.2.1

		O

		PoCCPSpec-PIR-S-004





		PoCCPSpec-PIR-S-016

		SIP BYE request (Pre-established Session)

		7.3.1.10.2.2

		O

		PoCCPSpec-PIR-S-004



		PoCCPSpec-PIR-S-017

		Group Advertisement request 

		7.3.1.11

		O

		



		PoCCPSpec-PIR-S-018

		Simultaneous Sessions Control Procedures

		7.3.1.12.1

		O

		



		PoCCPSpec-PIR-S-019

		Session Priority Requests

		7.3.1.12.2




		O

		PoCCPSpec-PIR-S-018



		PoCCPSpec-PIR-S-020

		Processing Session locking requests

		7.3.1.12.3 

		O

		PoCCPSpec-PIR-S-018



		PoCCPSpec-PIR-S-021

		Processing of SIP Session timer expiry 

		7.3.1.13




		M

		



		PoCCPSpec-PIR-S-022

		PoC service Setting Procedure (processing SIP PUBLISH requests)

		7.3.1.14




		M

		





F.2.6.2
Processing requests terminated by Served User


		Item

		Function

		Reference

		Status

		Requirement



		PoCCPSpec-PTR-S-001

		Receiving initiating request

		7.3.2.1

		M

		



		PoCCPSpec-PTR-S-002

		PoC Session Invitation request

		7.3.2.2

		M

		



		PoCCPSpec-PTR-S-003

		Automatic answer (On- demand Session)

		7.3.2.2.1

		M

		



		PoCCPSpec-PTR-S-004

		Automatic answer (Pre-established Session)

		7.3.2.2.2

		O

		PoCCPSpec-PIR-S-004



		PoCCPSpec-PTR-S-005

		Manual answer

		7.3.2.2.3

		M

		



		PoCCPSpec-PTR-S-006

		PoC Session Modification

		7.3.2.3

		M

		



		PoCCPSpec-PTR-S-007

		SIP NOTIFY request

		7.3.2.4

		M

		



		PoCCPSpec-PTR-S-008

		SIP CANCEL request

		7.3.2.5

		M

		



		PoCCPSpec-PTR-S-009

		SIP BYE request (On- demand Session)

		7.3.2.6.1

		M

		



		PoCCPSpec-PTR-S-010

		SIP BYE Request (Pre-established Session)

		7.3.2.6.2

		O

		PoCCPSpec-PIR-S-004



		PoCCPSpec-PTR-S-011

		Group Advertisement Requests

		7.3.2.7

		O

		





F.2.7 PoC Server performing the Controling PoC Function


F.2.7.1
Requests terminated by the Controlling PoC Function


		Item

		Function

		Reference

		Status

		Requirement



		PoCCPSpec-CTR-S-001

		General - Server behavior on receipt of SIP INVITE

		7.2.1.1

		M

		



		PoCCPSpec-CTR-S-002

		General - Inclusion of supported SIP methods in the 200 OK response

		7.2.1.1

		O

		



		PoCCPSpec-CTR-S-003

		Ad-hoc PoC Group and 1-1 PoC Session setup request

		7.2.1.2

		M

		



		PoCCPSpec-CTR-S-004

		Pre-arranged PoC Group Session setup request

		7.2.1.3

		M

		



		PoCCPSpec-CTR-S-005

		Rejoining PoC Session request

		7.2.1.4

		M

		



		PoCCPSpec-CTR-S-006

		Alternative IP address or port number indication 

		7.2.1.4

		M

		



		PoCCPSpec-CTR-S-007

		Joining chat PoC Group Session request

		7.2.1.5

		M

		



		PoCCPSpec-CTR-S-008

		Alternative IP address or port number indication 

		7.2.1.5

		M

		



		PoCCPSpec-CTR-S-009

		PoC Session joining policy enforcement

		7.2.1.6

		M

		



		PoCCPSpec-CTR-S-010

		PoC Session modification (changes to media capabilities)

		7.2.1.7

		M

		



		PoCCPSpec-CTR-S-011

		Updating of media capabilities according to local policy

		7.2.1.7

		O

		



		PoCCPSpec-CTR-S-012

		Adding PoC Participants to PoC Session request

		7.2.1.8

		M

		



		PoCCPSpec-CTR-S-013

		Termination of the implicit subscription and indication to PoC Client

		7.2.1.8

		M

		



		PoCCPSpec-CTR-S-014

		Leaving PoC Session request for On-demand Session case

		7.2.1.9.1




		M

		



		PoCCPSpec-CTR-S-015

		Processing requests for  leaving a PoC Session (for Pre-established Session case)

		7.2.1.9.2

		O

		PoCCPSpec-PTR-S-010 AND

PoCCPSpec-CIR- S-006 AND


PoCCPSpec-CTR-S-016



		PoCCPSpec-CTR-S-016

		Cancel PoC Session setup request

		7.2.1.10

		M

		



		PoCCPSpec-CTR-S-017

		PoC Session PoC Participant information requests

		7.2.1.11


7.2.1.11.1


7.2.1.11.2

		M

		



		PoCCPSpec-CTR-S-018

		Terminate subscriptions for terminated sessions

		7.2.1.11.3

		M

		



		PoCCPSpec-CTR-S-019

		Optionally return a SIP 202 "Accepted" response

		7.2.1.11.1

		M

		



		PoCCPSpec-CTR-S-020

		Limiting rate of SIP NOTIFY requests

		7.2.1.11.2

		O

		



		PoCCPSpec-CTR-S-021

		PoC Server should avoid sending SIP Notify to a client at the same time as a Talk Burst is sent or received from same client

		7.2.1.11.2

		O

		



		PoCCPSpec-CTR-S-022

		Group Advertisement requests 

		7.2.1.12

		M

		PoCCPSpec-CTR-S-023


OR 


PoCCPSpec-CTR-S-024



		PoCCPSpec-CTR-S-023

		Group Advertisement request when not supported by the server

		7.2.1.12

		O

		 PoCCPSpec-CTR-S-022



		PoCCPSpec-CTR-S-024

		Group Advertisement request when feature is supported

		7.2.1.12

		O

		PoCCPSpec-CTR-S-022






		PoCCPSpec-CTR-S-025

		SIP Session refresh procedure

		7.2.1.13

		M

		 PoCCPSpec-CIR- S-006





F.2.7.2
Requests initiated by the Controlling PoC Function


		Item

		Function

		Reference

		Status

		Requirement



		PoCCPSpec-CIR-S-001

		General - Server behavior when generating a SIP request

		7.2.2.1

		M

		



		PoCCPSpec-CIR- S-002

		PoC Session invitation request

		7.2.2.2

		M

		



		PoCCPSpec-CIR- S-003

		Alternative IP address or port number indication

		7.2.2.2

		M 

		



		PoCCPSpec-CIR- S-004

		Cancel of PoC Session invitation request

		7.2.2.3

		M

		



		PoCCPSpec-CIR- S-005

		Removal  of PoC Participant from PoC Session

		7.2.2.4

		M

		



		PoCCPSpec-CIR- S-006

		PoC Session modification of media capabilities for one SIP Session in an ongoing PoC Session

		7.2.2.5

		M

		



		PoCCPSpec-CIR- S-007

		Group Advertisement request

		7.2.2.6

		O
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		Status



		2531

		

		

		

		[2004.12.10]


Comment removed (due to duplication of [2402])



		2532

		

		

		

		[2004.12.10]


Comment removed (due to duplication)



		2533

		

		

		

		[2004.12.10]


Comment removed (due to duplication)



		1970

		2004.12.06

		AD 1 (valid for CP and UP, too)

		Technical:


It is not clear that V1.0 means PoC release 1.0.  This should be mentioned in the clause 1 Scope.


(OMA-POC-2004-1131)

		[2004.12.10]


OMA process defines V1 well. AD may need to mention V1 and no action required for other specs.


AI: editor to find the solution.



		309 (306)

		2004.12.01

		AD 2

		Editorial:


Reference to 3GPP TS24.229 missing


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		1822

		2004.12.06

		AD 2.1

		Technical


[3GPP TS 26.XXX] Note: This reference will be added, when supplied by 3GPP.


3GPP supplied us with two references in recent liaision need to integrate these into the AD


(OMA-POC-2004-1122)

		[2004.12.10]


AI: Ericsson to write contribution.



		2403

		2004.12.07

		AD 2.1

		Technical


This comment considers the completeness of references for DM:  The Lucent reviewer understands the following reference should be added to the AD: 


SyncML Device Management Bootstrap, version 1.1.2


And also the following, if it's ready in time:


OMA-DM-2004-0179R01-OMNA-MO-Process-update


(OMA-POC-2004-1140)

		[2004.12.13]


AI: Lucent to contact experts on DM to confirm the completion date.



		2579

		2004.12.10

		AD 2.1

		References to 3GPP 32.260 is a reference to Rel. 6, but throughout the document it refers to Rel. 5


(OMA-POC-2004-1144)

		[2004.12.10]


Inclusion of this comment was missing. Originally submitted on 2004.12.07.


[2004.12.13]

AI: AD editor to find Rel-5 if any



		310 (307)

		2004.12.01

		AD 2.1

		Editorial:


Reference to CREQ need to be replaced with reference to IOPProc


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		311 (308)

		2004.12.01

		AD 2.1

		Editorial:


All references to OMA documents are incorrectly done and should be done using established OMA syntax, see for instance the reference to IOPProc in the PoC User Plane specification


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		312 (309)

		2004.12.01

		AD 2.1

		Editorial:


Several references to 3GPP specifications are incomplete and not following the syntax required, e.g. 3GPPTS 23.107


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		313 (310)

		2004.12.01

		AD 2.1

		Editorial:


The reference to 3GPP2 C00 document is incomplete and not following the syntax required.


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		2580

		2004.12.10

		AD 2.2

		Informative references are still open. Delete or update.


(OMA-POC-2004-1144)

		[2004.12.10]


Inclusion of this comment was missing. Originally submitted on 2004.12.07.


[2004.12.13]


Editorial


AI: AD editor to find if any



		314 (311)

		2004.12.01

		AD 2.2

		Editorial:The references to 3GPP TR 23.979, 3GPP TS 26.XXX and 3GPP2 X.XXXXX are incomplete


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		001 (001)

		2004.11.23

		AD 3.2

		Access list should be replaced by access rules


(OMA-POC-2004-1058)

		[2004.11.24]


Decision pending.


As this is addressed to the definition, further investigation needed. Check usage in the entire documents (AD, CP, UP). Aligning XDM terminology could be the solution.



		1824

		2004.12.06

		AD 3.2

		Editorial


Remove unused definitions from the table


(OMA-POC-2004-1122)

		[2004.12.07]


Valid comment.


AI: correction assigned to AD Editor



		1971

		2004.12.06

		AD 3.2

		Technical:


Remove the definitions, which are not used in this document.


(OMA-POC-2004-1131)

		[2004.12.10]


Valid comment.


AI: AD Editor to identify items (at the end)

[2004.12.13]

Editorial


AI: AD editor to find if any



		225 (223)

		2004.11.30

		AD 3.2

		Editorial:


Align the fonts in the subclause 3.2 Definitions.


(OMA-POC-2004-1085)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		2581

		2004.12.10

		AD 3.2

		Inconsistencies in the font sizes of the definitions


(OMA-POC-2004-1144)

		[2004.12.10]


Inclusion of this comment was missing. Originally submitted on 2004.12.07.


[2004.12.13]

Editorial


AI: AD editor to find if any



		315 (312)

		2004.12.01

		AD 3.2

		Technical:


It exist 4 definitions of terms that control incoming access to a user. Access control, Access List, User Accept List, User Reject List. Are all needed?


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Siemens



		316 (313)

		2004.12.01

		AD 3.2

		Technical:


The definition of Group. Is it correct? Can it be removed? Is Pock group enough to have?


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: Editors for all specifications will check this usage.



		317 (314)

		2004.12.01

		AD 3.2

		Editorial:


Check terminology PoC user --> PoC User, A Group that can be joined by any User --> A PoC Group that can be joined by any PoC User


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		318 (315)

		2004.12.01

		AD 3.2

		Editorial:


Remove superfluous spaces and the empty line. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		320 (317)

		2004.12.01

		AD 3.2 Group

		Technical:


The Group is used for easy PoC Session establishment. --> The Group is used for efficient PoC Session establishment 


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


"convenient and efficient ... " will be used.


AI: correction assigned to AD Editor



		321 (318)

		2004.12.01

		AD 3.2 Media Parameters

		Technical


Old text:


The information transmitted between the PoC Server and the PoC Client in order to alter the settings of the PoC Client.  Media Parameters are transmitted by SIP/SDP messages


New proposal:


An item of information that describe and mandate the transport and encoding of the media intended to be used in the session. The information is transmitted between the PoC Servers and the PoC Clients using SIP/SDP messages.  


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


Remove "and mandate"


AI: correction assigned to AD Editor



		322 (319)

		2004.12.01

		AD 3.2 On-demand Session

		Editorial:


A PoC session set-up mechanism, where all media parameters are negotiated at the same time the PoC session is set-up. Should be PoC Session and Media Parameters


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		323 (320)

		2004.12.01

		AD 3.2 Primary PoC Session

		Editorial:


The session the PoC user prefers to listen and speech to.  In case of Simultaneous PoC Sessions the Primary PoC Session has a priority over the Secondary PoC Sessions. Should be PoC User


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		324 (321)

		2004.12.01

		AD 3.2 RTCP Session

		Technical:


A RTCP Session is considered as an exchange of RTCP control information between two PoC functional entities. Remove all together since RTCP is always part of the RTP session


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: correction assigned to AD Editor



		319 (316)

		2004.12.01

		AD 3.2 RTP Session

		Technical:


A RTP Session is considered as an exchange of RTP media streams between two PoC functional entities. --> A RTP Session is considered as an association that allows exchange of RTP media streams and RTCP messages among a set of PoC functional entities


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


However issue on whether this issue is relevant to RTP and RTCP left open



		325 (322)

		2004.12.01

		AD 3.2 SigComp

		Technical:


Text based signaling compression mechanism specified in [RFC3320]. A mechanism that provides compression of text based application protocols such as SIP


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: correction assigned to AD Editor



		1202

		2004.12.01

		AD 3.3

		Missing abbreviations: XDM, XDMS, DMS, DM


(OMA-POC-2004-1107)

		[2004.12.10]


Valid comment.


AI: AD Editor to find the definitions.



		1825

		2004.12.06

		AD 3.3

		Editorial


Delete GLMS, HTTP, OTAP, RLS


(OMA-POC-2004-1122)

		[2004.12.07]


Valid comment.


AI: correction assigned to AD Editor



		326 (323)

		2004.12.01

		AD 3.3

		Technical:


Add the abbreviation QoS Quality of Service


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: correction assigned to AD Editor



		327 (324)

		2004.12.01

		AD 3.3

		Editorial:


Remove empty line. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		328 (325)

		2004.12.01

		AD 4

		Editorial:


Remove superfluous spaces and the empty line. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		329 (326)

		2004.12.01

		AD 4

		Editorial:


push to talk over cellular service --> PoC service


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		1819

		2004.12.06

		AD 5

		Figure 3 is not aligned with the architecture and interfaces described in GM-AD and SIMPLE-Spec. To give one example, Interface PRS-2 in Figure 3 does not coincide with PRS-2 as specified in the Presences spec. “PRS-2” in Figure 3 should be “PRS-3” instead, and “PRS-2” another interface between UE and SIP/IP core. 


(OMA-POC-2004-1121)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Motorola with AD Editor



		1826

		2004.12.06

		AD 5

		Technical


Figure 2 does not show in Normal mode in word


Reformatted picture required


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Motorola



		1827

		2004.12.06

		AD 5

		Editorial


Subclause under Figure 2 refers to subclause 6.1.6 “PoC XML Document management Server”  but this subclause is actually 6.1.7


(OMA-POC-2004-1122)

		[2004.12.07]


Valid comment.


AI: correction assigned to AD Editor



		1828

		2004.12.06

		AD 5

		Technical


Need to add something about communication between entities within the UE is out of scope


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


A short note on the said comment is needed. Rather editorial.


AI: contribution assigned to AD Editor.



		1829

		2004.12.06

		AD 5

		Technical


PRS-1, PRS-2 and PRS-3 in table 1 do not align with functional entities and reference points shown in Figure 3


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Motorola



		1830

		2004.12.06

		AD 5

		Editorial


Table 1 PoC-4 reference point


Delete


"The access network used by the PoC architecture includes both the radio access as well as the other nodes required to gain IP connectivity and IP mobility." 


(OMA-POC-2004-1122)

		[2004.12.07]


Valid comment.


AI: correction assigned to AD Editor



		1831

		2004.12.06

		AD 5

		Technical


Are C-5 and DM-1 still for further study?


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment. Remove FFS, but it is not pure editorial.


AI: contribution assigned to Nokia.



		2534

		2004.12.07

		AD 5

		Technical: 


Change the XDM Administrator shown in the PoC AD to an XDM client (and make it optional to have this client in the network). Note: This gets rid of the inconsistency in showing the XDM Administrator in Release 1 (its not part of release 1 in the XDM specs)


(OMA-POC-2004-1108R03)

		[2004.12.10]


Needs to work with PAG



		2538

		2004.12.07

		AD 5

		Technical:


PRS-2 reference point is listed in table 1, but is not in Figure 3.


(OMA-POC-2004-1108R03)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Motorola



		330 (327)

		2004.12.01

		AD 5

		Editorial:


Remove superfluous spaces and the empty line. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		331 (328)

		2004.12.01

		AD 5

		Editorial:


Figure not visible in "normal" mode. Insert as an object instead.


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		332 (329)

		2004.12.01

		AD 5

		Editorial:


Below figure 2 reference 6.1.6 shall be 6.1.7


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		333 (330)

		2004.12.01

		AD 5

		Editorial:


Subclause contains spaces and empty lines. Please clean up. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		334 (331)

		2004.12.01

		AD 5

		Editorial:


"Figure 3 describes" should be "Figure 3 "PoC Architecture" describes".


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		335 (332)

		2004.12.01

		AD 5

		Editorial:


Note under figure should be a NOTE between caption and figure.


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		336 (333)

		2004.12.01

		AD 5

		Editorial:


Table caption shall be above table


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		337 (334)

		2004.12.01

		AD 5

		Technical:


Reference point PRS-2 in figure does not match description in table.


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Motorola with AD Editor



		338 (335)

		2004.12.01

		AD 5.

		Technical:


The box is called Group Management in figure 2. In the text something called "Shared XML…. And Pock XML… is mentioned. It does not stated that these two are a part of the box Group Management.


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Motorola (also to cover [339], [348], [349])



		339 (336)

		2004.12.01

		AD 5.

		Technical:


Figure 2 has a box PoC Client that talks to GM, Presence and PoC server. Figure 3 has PoC client, Presence User Agent, DM client and XDMC as a part of UE. Chapter 6 talks about a PoC Client , XML client, Presence Source and Watcher. What are the correct terms?


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Motorola (also to cover [338], [348], [349])



		002 (002)

		2004.11.23

		AD 6

		There is a mixture of capital SHALL, SHOULD and MAY and “can” and “can perform” all over this chapter.


(OMA-POC-2004-1058)

		[2004.11.24]


Valid comment.


"Can" is partly used for possibility while "MAY" is used for optionality. Investigation on normative / informative meaning needed.


AI: contribution assigned to Siemens



		340 (337)

		2004.12.01

		AD 6

		Use of wrong definitions in 6 and sub-sections. Change to: PoC server->PoC Server, PoC user->PoC User, PoC function->PoC Function, PoC session->PoC Session, PoC group->PoC Group, SIP session->SIP Session, SIP/IP core->SIP/IP Core, talk bursts - Talk Bursts etc


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: correction assigned to AD Editor



		1219

		2004.12.01

		AD 6.1.1

		As per section 8.11, The PoC Client and the Controlling PoC Server SHALL support the user plane adaptation procedure, if initiated by another side. However, section 6.1.1. does not say that PoC Client shall support user plane adaptation procedure if initiated by other side.


(OMA-POC-2004-1108)

		[2004.12.10]


Agreed to add a bullet point.


AI: contribution assigned to Motorola



		1221

		2004.12.01

		AD 6.1.1

		As per referred section, following is a mandatory requirement for PoC Client: To  Support the capability of a PoC User to set the Answer Mode Indication (Manual-Answer, "Auto-Answer") and the Incoming PoC Session Barring.  However, as per section 6.4.2 of OMA-RD_PoC-V1_0-20041115-C, this is NOT a mandatory requirement.


(OMA-POC-2004-1108)

		[2004.12.10]


Need to discuss with REQ



		1832

		2004.12.06

		AD 6.1.1

		Technical


The PoC Client MAY:


Support handling of Instant Personal Alert


The PoC Client sending an Instant Personal Alert is optional but it is mandatory to be capable of receiving an Instant Personal Alert


(OMA-POC-2004-1122)

		[2004.12.10]


Need to discuss with REQ


AI: contribution assigned to Nokia



		1833

		2004.12.06

		AD 6.1.1

		Technical


The PoC Client MAY:


Support Queuing Indicator and Request Priority Level in Talk Burst request.


What is "Queuing Indicator"?


I think what is meant here is MAY support TalK Burst Request queueing, priority based queuing and timestamp based queuing


(OMA-POC-2004-1122)

		[2004.12.10]


Rewording needed


AI: contribution assigned to Ericsson



		1834

		2004.12.06

		AD 6.1.1

		Editoral


The PoC Client MAY


Support for Pre-established Session.


Modify to


The PoC Client MAY


Support Pre-established Sessions.


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		1835

		2004.12.06

		AD 6.1.1

		Technical


Support the capability of a PoC User to set the Answer Mode Indication (Manual-Answer, "Auto-Answer") and the Incoming PoC Session Barring.


Need to add Incoming Alert Barring here


(OMA-POC-2004-1122)

		[2004.12.10]


See [xxx]



		341 (338)

		2004.12.01

		AD 6.1.1

		Editorial:


"The PoC Client resides on the mobile terminal and is used to access PoC service." shall be The PoC Client resides on the mobile terminal and is used to access the PoC service.


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		342 (339)

		2004.12.01

		AD 6.1.1

		Editorial:


(Manual-Answer, "Auto-Answer") should be  ("Manual-Answer, "Auto-Answer") perhaps Automatic and Manual should be used instead


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		343 (340)

		2004.12.01

		AD 6.1.1

		Editorial:


"Provide group advertising" should be · "Provide Group Advertisement"


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		344 (341)

		2004.12.01

		AD 6.1.1

		Editorial:


"Queuing Indicator and Request Priority Level" should be lower case or included as definitions. 


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		345 (342)

		2004.12.01

		AD 6.1.1

		Editorial:


Quality Feedback should be lower case or included as a definition. My recommendation is to include it in the definitions


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		346 (343)

		2004.12.01

		AD 6.1.1

		Technical:


Support Simultaneous Sessions (and associated on-hold procedures). Should be split into 2 bullets since hold can be used without simultaneous sessions


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Nokia



		2535

		2004.12.07

		AD 6.1.2

		Technical:


Missing functionality: The XDMC in the handset shall provide the ability to view the subscribers contact/group lists and info


(OMA-POC-2004-1108R03)

		[2004.12.10]


Reference to GM AD already included. Enough to describe all.


No action required.



		2536

		2004.12.07

		AD 6.1.2

		Technical:


Missing functionality: The XDMC in the handset may provide the ability to (create/modify/delete) the subscribers contact/group list and info


(OMA-POC-2004-1108R03)

		[2004.12.10]


Reference to GM AD already included. Enough to describe all.


No action required.



		2537

		2004.12.07

		AD 6.1.2

		Technical:


Missing functionality: The XDMC in the network side is optional, however the combination of available XDMCs in the network and handset SHALL support all of the functionality required for the subscriber (view/create/modify/delete).


(OMA-POC-2004-1108R03)

		[2004.12.10]


Reference to GM AD already included. Enough to describe all.


No action required.



		347 (344)

		2004.12.01

		AD 6.1.2

		Technical:


URI lists are used as a term. In definitions it exists something called contact list? What shall be used?


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


"contact list" is decided to be used.


AI: contribution assigned to Ericsson (check whole document)



		1227

		2004.12.01

		AD 6.1.3

		“Presence Source”, “Watcher”, and “Device Management Client” sections should be moved under 6.2, since they are not PoC functional entities (i.e. inconsistent with Figure 3).


(OMA-POC-2004-1108)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		1836

		2004.12.06

		AD 6.1.3

		Technical


6.1.3 Is titled presence source but in Figure 3 it is shown as "Presence user agent.


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Motorola



		348 (345)

		2004.12.01

		AD 6.1.3

		Technical:


Reference shall be to OMA-Presence and not to IETF.


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Motorola (also to cover [338], [339], [349])



		1228

		2004.12.01

		AD 6.1.4

		“Presence Source”, “Watcher”, and “Device Management Client” sections should be moved under 6.2, since they are not PoC functional entities (i.e. inconsistent with Figure 3).


(OMA-POC-2004-1108)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Motorola



		1837

		2004.12.06

		AD 6.1.4

		Technical


6.1.4 Is titled watcher but in Figure 3 it is shown as "Presence user agent.


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Motorola



		349 (346)

		2004.12.01

		AD 6.1.4 

		Technical:


Reference shall be to OMA-Presence and not to IETF.


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Motorola (also to cover [338], [339], [348])



		1229

		2004.12.01

		AD 6.1.5

		“Presence Source”, “Watcher”, and “Device Management Client” sections should be moved under 6.2, since they are not PoC functional entities (i.e. inconsistent with Figure 3).


(OMA-POC-2004-1108)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Motorola



		1838

		2004.12.06

		AD 6.1.5

		Technical


What is the " PoC communication feature configurations"?


I think what we mean to say her is:


Download PoC service configuration data to the terminal device by using  the mechanism specified in [OMA DM].


(OMA-POC-2004-1122)

		[2004.12.10]


Change working as proposed left.


AI: correction assigned to AD Editor


???



		1839

		2004.12.06

		AD 6.1.5

		Technical


What "contents sent by service provider."? How does the second bullet differ from the first bullet?


(OMA-POC-2004-1122)

		[2004.12.10]


AI: contribution assigned to Nokia



		350 (347)

		2004.12.01

		AD 6.1.5

		Editorial:


"The DM Client resides on the mobile terminal and is used to access Device Management Server" should be". The DM Client resides on the mobile terminal and is used to access the Device Management Server.".


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		1840

		2004.12.06

		AD 6.1.6

		Technical


Figure 5 does not appear in normal mode in word


Reformat figure 5


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		1841

		2004.12.06

		AD 6.1.6

		Technical


Figure 6 does not appear in normal mode in word


Reformat figure 6


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		1842

		2004.12.06

		AD 6.1.6

		Technical


Figure 7 does not appear in normal mode in word


Reformat figure 7


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		351 (348)

		2004.12.01

		AD 6.1.6

		Editorial:


First paragraph missing a "." at the end.


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		352 (349)

		2004.12.01

		AD 6.1.6

		Editorial:


Sentence starting with "Figure 4 ... "should be new paragraph.


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		353 (350)

		2004.12.01

		AD 6.1.6

		Editorial:


Figures uses POC instead of PoC.


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		354 (351)

		2004.12.01

		AD 6.1.6.1

		Editorial:


Media should be media unless used together with RTP or parameters.


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		355 (352)

		2004.12.01

		AD 6.1.6.1

		Talk Burst Arbitration not defined. Talk Burst arbitration


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Ericsson (to check whole document)



		1217

		2004.12.01

		AD 6.1.6.2

		As per section 8.8, The PoC Server performing the Controlling PoC Function SHALL provide the privacy of the PoC addresses of PoC participants when providing the participant information notifications. However, providing privacy has not been listed as a function of controlling PoC server in section 6.1.6.1


(OMA-POC-2004-1108)

		[2004.12.10]


Valid comment.


AI: coontribution assigned to Motorola



		1843

		2004.12.06

		AD 6.1.6.2

		Technical


Figure 8 does not appear in normal mode in word


Reformat figure 8


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		356 (353)

		2004.12.01

		AD 6.1.6.2

		Editorial:


Talk Burst Control Protocol Negotiation --> Talk Burst Control Protocol negotiation


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		357 (354)

		2004.12.01

		AD 6.1.6.2

		Editorial:


Media should be media unless used together with RTP or parameters.


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		358 (355)

		2004.12.01

		AD 6.1.6.2

		Editorial:


Figure 8 not visible in "normal" mode which means that something is wrong. Make it as an object instead.


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		359 (356)

		2004.12.01

		AD 6.1.6.2

		Technical:


Media relay function not defined. Define or rephrase


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


Definition needed.


AI: contribution assigned to Ericsson



		360 (357)

		2004.12.01

		AD 6.1.6.2

		Editorial:


Controlling PoC server is not defined. Change to PoC Server performing the Controlling PoC Function


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		361 (358)

		2004.12.01

		AD 6.1.6.2

		Editorial:


Move text between caption and figure below caption


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		362 (359)

		2004.12.01

		AD 6.1.6.2 bullet 8

		Technical:


"Stores the current Answer Mode, Incoming PoC Session Barring and Incoming Instant Personal Alert Barring preferences of the PoC Client.


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Ericsson (to check whole document)



		1230

		2004.12.01

		AD 6.1.6.3

		Change “PRS-2” to “PRS-3”.


(OMA-POC-2004-1108)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		1844

		2004.12.06

		AD 6.1.6.3

		Technical


The presence handling is performed via the reference points POC-2 and PRS-2. Communication between PoC server and Presence server is accomplished using SIP and the SIP specific event notification mechanism [RFC3261], [RFC3265]. The details are specified in [Presence AD].


This does not map with the description of PRS-2 reference point in Table 1


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Motorola



		1845

		2004.12.06

		AD 6.1.6.3

		Technical


The presence-related functions identified are:


MAY provide means for handling of presence information towards a presence service


This doesn’t make sense


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


Motorola contribution will cover this issue.



		1923

		2004.12.06

		AD 6.1.6.3

		This functionality is not described in the PoC_CP. Relevant text describing these procedures needs  to be included.


(OMA-POC-2004-1127)

		[2004.12.10]


Valid comment.


Scope of CP needed


AI: correction assigned to Vodafone



		1972

		2004.12.06

		AD 6.1.6.3

		Technical/Editorial:


Change PRS-2 to PRS-3.


(OMA-POC-2004-1131)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor (also covered in Motorola contribution)



		363 (360)

		2004.12.01

		AD 6.1.6.3

		Editorial:


mechanism [RFC3261], [RFC3265]. --> mechanism as specified in [RFC3261] and [RFC3265].


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		364 (361)

		2004.12.01

		AD 6.1.6.3

		Editorial:


The presence-related functions identified are: --> The presence-related functions:


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		365 (362)

		2004.12.01

		AD 6.1.6.3

		Technical:


"presentity" shall it be "presence source"


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: correction assigned to AD Editor



		366 (363)

		2004.12.01

		AD 6.1.6.3

		Technical:


Split bullet list in two. One for "presence source" and one for "watcher"


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Motorola (based on information provided by Ericsson)



		367 (364)

		2004.12.01

		AD 6.1.7

		Editorial:


Remove spaces and empty lines. Missing "." after last sentence. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		368 (365)

		2004.12.01

		AD 6.2

		Editorial:


Use of wrong definitions in 6.2 and subsections. Change to: SIP/IP Core, PoC User, PoC Client etc


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		1846

		2004.12.06

		AD 6.2.1

		Editorial


When SIP/IP Core is based on the 3GPP IMS or 3GPP2 MMD, it conforms to 3GPP TS 23.228 or 3GPP2 X.P0013.2 respectively.


Modify to


When SIP/IP Core is based on the 3GPP IMS or 3GPP2 MMD, the SIP/IP core architecture  is specified in [3GPP TS23.228] or [3GPP2X.S0013.2 respectively.


(OMA-POC-2004-1122)

		[2004.12.07]


Valid comment.


AI: correction assigned to AD Editor



		1924

		2004.12.06

		AD 6.2.1

		Text describing the SIP/IP Core needs to be aligned with the relevant text in Presence, XDM Ads


(OMA-POC-2004-1127)

		[2004.12.10]


Comment withdrawn.



		369 (366)

		2004.12.01

		AD 6.2.1

		Editorial:


Remove spaces and empty lines. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		1973

		2004.12.06

		AD 6.2.2

		Technical:


The description of the Shared XDMS is misleading. Replace it by copying the definition from GM AD subclause 7.1.4:


7.1.4 Shared XML Document Management Server 


The Shared XDMS is an XCAP Server that can be accessed by one or more service enablers (e.g. Presence and POC).  It supports the following functions:


Manages XML documents (e.g. URI lists) which may be shared among service enablers.  Management operations include create, modify, retrieve, and delete.


Enables single subscription to changes to multiple documents stored on the Shared XDMS.


Provides aggregation of notifications of changes to multiple documents stored on the Shared XDMS.


Notifies subscribers of changes to the shared documents stored in the network.


(OMA-POC-2004-1131)

		[2004.12.10]


In general, duplicated texts shall be avoided.


No action required.


RIM may write contribution to provide clarification on URI list.



		370 (367)

		2004.12.01

		AD 6.2.2

		Editorial:


Remove spaces and empty lines. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		371 (368)

		2004.12.01

		AD 6.2.3

		Technical:


Aggregation proxy not defined which means that we should be lower case. Do we need to define aggregation proxy.


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment. All shall be capitalized and included in definition.


AI: contribution assigned to RIM (definition)



		1847

		2004.12.06

		AD 6.2.4

		Technical


6.2.4 refers to the 'presence source' in the UE, but in Figure 3 it is shown as "Presence user agent.


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Motorola



		372 (369)

		2004.12.01

		AD 6.2.4

		Editorial:


Remove spaces and empty lines. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		373 (370)

		2004.12.01

		AD 6.2.4

		Editorial:


The note has wrong syntax. Change Note: to NOTE:


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		374 (371)

		2004.12.01

		AD 6.2.6

		Editorial:


Remove spaces and empty lines. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		375 (372)

		2004.12.01

		AD 6.2.6

		Editorial:


The Device Management Server, DMS performs --> The Device Management Server (DMS) performs


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		376 (373)

		2004.12.01

		AD 6.2.6

		Editorial:


Use same type of bullet in bullet 1 as bullet 2-3. Just now they have different space between. It looks like the 1:st is the correct if you compare with bullets in 7.1


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		377 (374)

		2004.12.01

		AD 7

		Editorial:


Use of wrong definitions in 7 and subsections. Change to: PoC server->PoC Server, PoC user->PoC User, PoC function->PoC Function, PoC session->PoC Session, PoC group->PoC Group, SIP session->SIP Session, SIP/IP core->SIP/IP Core etc


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		1848

		2004.12.06

		AD 7.1

		Technical


Relaying Answer Mode Indication and Incoming PoC Session Barring to the PoC Server


Need to add Incoming Alert Barring here


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		1925

		2004.12.06

		AD 7.1

		Fourth bulletpoint unclear: “Performs authentication and authorization of the PoC user at the PoC Client based on the PoC user’s service profile”. How is this performed?


(OMA-POC-2004-1127)

		[2004.12.10]


Comment unclear. "authorization"


AI: contribution assigned to Vodafone



		378 (375)

		2004.12.01

		AD 7.1

		Editorial:


How can a interface between a PoC Client and SIP/IP Core relay stuff to PoC Server? remove "to the PoC Server"


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		379 (376)

		2004.12.01

		AD 7.1

		Technical:


PoC capabilities not defined anywhere. Rephrase or define


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to RIM



		381 (377)

		2004.12.01

		AD 7.10

		Technical:


What is GMLS?? Should be Shared XDMS? Should be according to figure 3.


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Motorola



		1850

		2004.12.06

		AD 7.16

		Technical:


PRS-2 definition does not align with functional entities and reference points shown in Figure 3.


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Motorola



		1849

		2004.12.06

		AD 7.17

		Technical:


PRS-1 definition does not align with functional entities and reference points shown in Figure 3.


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Motorola



		1851

		2004.12.06

		AD 7.17

		Technical


PRS-3 does not align with functional entities and reference points shown in Figure 3


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Motorola



		382 (378)

		2004.12.01

		AD 7.19

		Editorial:


Ro, Rf reference points --> Ro and Rf reference points


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		380 (376)

		2004.12.01

		AD 7.2

		Technical:


PoC capabilities not defined anywhere. Rephrase or define


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to RIM



		383 (379)

		2004.12.01

		AD 7.2

		Technical:


"Relaying Answer Mode Indication and Incoming PoC Session Barring to the PoC Server" --> · "Relaying Answer Mode Indication, Incoming PoC Session Barring and Incoming Instant Personal Alert Barring to the PoC Server


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: correction assigned to AD Editor



		384 (380)

		2004.12.01

		AD 7.2 

		Technical:


How can an interface between the SIP/IP Core and the PoC Server relay stuff from the PoC Client? Rephrase


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Ericsson



		385 (381)

		2004.12.01

		AD 7.2 Last paragraph

		Technical:


Reference  [3GPP TS 23.002, 3GPP2 X.P0013.0] -->  [3GPP TS 23.002, 3GPP2 X.S0013.0]


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Ericsson



		386 (382)

		2004.12.01

		AD 7.2 paragraph 1

		Technical:


and the PoC Server for session control --> and the PoC Server for SIP session control


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Ericsson



		387 (383)

		2004.12.01

		AD 7.20

		Editorial:


Remove spaces and empty lines. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		1935

		2004.12.06

		AD 7.3

		Lat sentence: Mb is defined as IPv6 network services reference point, this could lead to the interpretation that IPv6 is mandatory for POC in IMS networks. But this is not true, ipv4 is supported optionally by IMS.


(OMA-POC-2004-1127)

		[2004.12.10]


Comment withdrawn



		388 (384)

		2004.12.01

		AD 7.3

		Editorial:


Note shall be formatted as "NO" not "body text"


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		389 (385)

		2004.12.01

		AD 7.3

		Editorial:


Remove spaces. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		390 (386)

		2004.12.01

		AD 7.3

		Technical:


reference [3GPP2 X.P0013.0] not correct


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Ericsson



		391 (387)

		2004.12.01

		AD 7.3

		Technical:


Feedback of the quality of sent media. Change to: feedback of the quality of received media


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: correction assigned to AD Editor



		392 (387)

		2004.12.01

		AD 7.4

		Technical:


Feedback of the quality of sent media. Change to: feedback of the quality of received media


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: correction assigned to AD Editor



		393 (388)

		2004.12.01

		AD 7.4

		Editorial:


Check terminology · talk burst--> Talk Burst, etc 


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		394 (389)

		2004.12.01

		AD 7.4

		Technical:


reference [3GPP2 X.P0013.0] not correct. Same problem may occur on several places in the document.


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: correction assigned to AD Editor



		395 (390)

		2004.12.01

		AD 7.5

		Technical:


What is "Group Management client"? Shall it be "XDMC" ??


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Motorola



		396 (391)

		2004.12.01

		AD 7.6

		Editorial:


Remove empty line. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		397 (392)

		2004.12.01

		AD 7.6

		Technical:


What is POC GMLS??


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Motorola



		398 (393)

		2004.12.01

		AD 7.7

		Technical:


What is GMLS?? What is Group Management Client?


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Motorola



		399 (394)

		2004.12.01

		AD 7.8

		Technical:


What is GMLS??


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Motorola



		400 (395)

		2004.12.01

		AD 7.9

		Technical:


What is GMLS??


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Motorola



		401 (396)

		2004.12.01

		AD 8

		Editorial:


Use of wrong definitions in 8 and sub-sections. Change to: PoC server->PoC Server, PoC user->PoC User, PoC function->PoC Function, PoC session->PoC Session, PoC group->PoC Group, SIP session->SIP Session, SIP/IP core->SIP/IP Core etc


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		402 (397)

		2004.12.01

		AD 8.1.1

		Editorial:


Remove spaces and some other strange characters. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		403 (398)

		2004.12.01

		AD 8.1.1

		Editorial Check terminology section--->subclause "" around reference (8.5 "Reference"), user --> PoC User,


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: correction assigned to AD Editor



		404 (399)

		2004.12.01

		AD 8.1.1

		Reference that not are in reference section: [RFC 2806bis]. Change to correct reference [RFC 2806]?


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Motorola



		003 (003)

		2004.11.23

		AD 8.1.3

		PoC user shall also be able to create a PoC Group.


(OMA-POC-2004-1058)

		[2004.11.24]


Valid comment.


Enhancement to the first bullet sentence needed. Also capitalise "shall".


AI: contribution assigned to Siemens



		004 (004)

		2004.11.23

		AD 8.1.3

		Dynamic groups are not generated in the PoC server and not the PoC XDMS.


(OMA-POC-2004-1058)

		[2004.11.24]


Valid comment.


Replace "XDMS" with "Server" in the second bullet sentence.


AI: correction assigned to AD Editor



		1926

		2004.12.06

		AD 8.1.3 

		The functionality of the second bulletpoint: “It SHALL be possible for the PoC client to request the PoC XDMS to generate a group identity at establishment of the Ad-hoc group session. This identity is valid until PoC session termination” is not described in the PoC_CP specs.


(OMA-POC-2004-1127)

		[2004.12.10]


Identical to [004]


Comment withdrawn.



		405 (400)

		2004.12.01

		AD 8.1.3

		Editorial:


A group is identified with a group identity. --> A PoC Group is identified with a PoC Group Identity.


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		406 (401)

		2004.12.01

		AD 8.1.3

		Editorial:


In title "Group identities" --> "PoC Group Identities"


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		407 (402)

		2004.12.01

		AD 8.1.3

		Editorial:


Remove empty line. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		408 (403)

		2004.12.01

		AD 8.1.3

		References uses wrong syntax: defined in RFC 3261. Should be: defined in [RFC 3261]


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: correction assigned to AD Editor



		409 (404)

		2004.12.01

		AD 8.1.3 

		What has "The PoC user SHALL be able to create and store a URI list in Shared XDMS URI list." with group identities to do.  Remove ?


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Ericsson



		007 (007)

		2004.11.23

		AD 8.10

		Align style of bullets with rest of document.


(OMA-POC-2004-1058)


(originally mentioned as "8.19", corrected to "8.10")

		[2004.11.24]


Valid comment.


AI: correction assigned to AD Editor



		443 (437)

		2004.12.01

		AD 8.10

		Editorial:


check terminology talk burst --> Talk Burst, PoC Session identifier --> PoC Session Identifier


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		444 (438)

		2004.12.01

		AD 8.10 Paragraph 1

		Technical:


According to the RD subclause 6.1.8 "The PoC service entity SHALL provide records for failed delivery of talk bursts.". This requirement is not possible to fulfill unless Quality feed back is mandatory.


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


Solution left open.



		1218

		2004.12.01

		AD 8.11

		As per section 8.11, The PoC Client and the Controlling PoC Server SHALL support the user plane adaptation procedure, if initiated by another side. However, section 6.1.1. does not say that PoC Client shall support user plane adaptation procedure if initiated by other side.


(OMA-POC-2004-1108)

		[2004.12.10]


Comment identical to [1219]



		1930

		2004.12.06

		AD 8.11

		User plane adaptation initiated by the controlling PoC Server (as stated in the last sentence of this section) is not described in the PoC_UP.


(OMA-POC-2004-1127)

		[2004.12.10]


Already covered.


Comment withdrawn.



		1937

		2004.12.06

		AD 8.11

		Last sentence: why not participating poc server also, when it is part of the user plane?


(OMA-POC-2004-1127)

		[2004.12.10]


Participating PoC server (SR/RR) is not committed this procedure. Also Participating server does not know all the PoC client.


Comment noted.



		445 (439)

		2004.12.01

		AD 8.11

		Technical:


The expression SHOULD NOT is not simple to understand. I suggest that the following sentence "The renegotiation SHOULD NOT be done during a talk burst." is changed to "Renegotiation of Media Parameters SHALL if possible be avoided during a Talk Burst"


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


"SHOULD be avoided"


AI: correction assigned to AD Editor



		1204

		2004.12.01

		AD 8.12

		Incomplete references (see “XXX”). Which codecs should be used?


(OMA-POC-2004-1107)

		[2004.12.10]


AI: contribution assigned to Ericsson



		1823

		2004.12.06

		AD 8.12

		Technical


[3GPP2 X.XXXXX] Note: This reference will be added, when supplied by 3GPP2.


Seems we are not getting a reference from 3GPP2 in the near future. Some text regarding 3GPP 2 codecs was added to the user plane. Add some text here and the 3GPP2 codec definition specification as a reference.


(OMA-POC-2004-1122)

		[2004.12.10]


Subclause 8.12 number corrected.


AI: contribution assigned to ???






		1859

		2004.12.06

		AD 8.12

		Technical


Need to complete references here


(OMA-POC-2004-1122)

		[2004.12.10]


AI: contribution assigned to Ericsson



		1931

		2004.12.06

		AD 8.12

		Add the relevant 3GPP/2 references 


(OMA-POC-2004-1127)

		[2004.12.10]


AI: contribution assigned to Ericsson



		446 (440)

		2004.12.01

		AD 8.12

		Editorial:


Remove spaces and some other strange characters. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		447 (441)

		2004.12.01

		AD 8.13

		Editorial:


according to [RFC 3320] --> according to rules and procedures of [RFC3320] (several places in the subclause)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		448 (442)

		2004.12.01

		AD 8.13

		Editorial:


The NOTE shall be formatted using "NO" instead of "body text".


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		449 (443)

		2004.12.01

		AD 8.13

		Technical:


Reference [3GPP2 X.P0013.4] is not correct.


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Ericsson



		1860

		2004.12.06

		AD 8.14

		Editorial


IMSI, MSISDN and CDR need to be added to abbreviations


(OMA-POC-2004-1122)

		[2004.12.07]


Valid comment.


AI: correction assigned to AD Editor



		1938

		2004.12.06

		AD 8.14

		Correlation between  …. Underlying network.  Question: are we sure that this information is passed on the isc interface?


(OMA-POC-2004-1127)

		[2004.12.10]


"YES" - no action required.



		2584

		2004.12.10

		AD 8.14

		Pre-paid and post-paid billing models are not a question of data, but of mechanisms. It should refer to on-line and off-line mechanisms to support pre-paid and post-paid


(OMA-POC-2004-1144)

		[2004.12.10]


Inclusion of this comment was missing. Originally submitted on 2004.12.07.


[2004.12.13]

Editorial in nature


Editor check the terminology






		450 (444)

		2004.12.01

		AD 8.14

		Editorial:


PoC Operator not defined. Define or rephrase (lower case operator)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		1220

		2004.12.01

		AD 8.14.1

		It has not been clearly specified how charging would take place for simultaneous sessions e.g. when a separate 1-to-1 PoC session is established by user while having a PoC session (Refer to section 6.2.12 of User Requirements Document)


(OMA-POC-2004-1108)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Motorola



		2585

		2004.12.10

		AD 8.14.1

		Pre-paid and post-paid is a business decision. Technically should say online/off-line. 


(OMA-POC-2004-1144)

		[2004.12.10]


Inclusion of this comment was missing. Originally submitted on 2004.12.07.






		451 (445)

		2004.12.01

		AD 8.14.1

		Editorial:


"independent of session usage "--> "independent of PoC Session usage"


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		452 (446)

		2004.12.01

		AD 8.14.1

		Technical:


The term PoC Session owner is used needs to be defined.


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Nokia



		453 (447)

		2004.12.01

		AD 8.14.1

		Editorial:


PoC participant not defined. Shall be Participant


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		454 (448)

		2004.12.01

		AD 8.14.1

		Editorial:


Chat group session not defined. Use Chat PoC Group


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		1862

		2004.12.06

		AD 8.14.2

		Technical


Activation/deactivation of PoC Service Attributes 


Do we mean PoC Service Settings here?


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


It should mean "PoC service settings"


AI: contribution assigned to RIM



		1863

		2004.12.06

		AD 8.14.2

		Technical


List management operations


Does PAG support charging for this?


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


It should mean "PoC service settings"


AI: contribution assigned to RIM



		455 (449)

		2004.12.01

		AD 8.14.2

		Editorial:


Check terminology PoC subscriber --> PoC Subscriber, PoC Service Attributes --> PoC service attributes


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		456 (450)

		2004.12.01

		AD 8.14.2

		Technical:


List management operations --> XML Document Management operations


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		1864

		2004.12.06

		AD 8.14.3

		Editorial 


CCF and ECF need to be added to abbreviations section


(OMA-POC-2004-1122)

		[2004.12.07]


Valid comment.


AI: correction assigned to AD Editor



		2586

		2004.12.10

		AD 8.14.3

		ECF is a 3GPP Rel.5 entity. It should not be named here. In 3GPP Rel.6 it does not exist.


(OMA-POC-2004-1144)

		[2004.12.10]


Inclusion of this comment was missing. Originally submitted on 2004.12.07.


[2004.12.13]

ECF is renamed EBCF in Rel-6



		457 (451)

		2004.12.01

		AD 8.14.3

		Editorial:


References uses wrong syntax: described in 3GPP TS 24.229. Should be: defined in [3GPP TS24.229]


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		1861

		2004.12.06

		AD 8.15

		Editorial


QoS needs to be added to abbreviations


(OMA-POC-2004-1122)

		[2004.12.07]


Valid comment.


AI: correction assigned to AD Editor



		458 (452)

		2004.12.01

		AD 8.15

		Technical:


Reference [3GPP2 X.P00132] incorrect.


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Motorola



		1865

		2004.12.06

		AD 8.16

		Technical


The Presence Source MAY publish presence information to the Presence Server.


The Presence Source supplied presence information is routed to the Presence Server via the PRS-1 and PRS-3 reference points. 


Presence source  and PRS-2 reference points don’t match Figure 3


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Motorola



		1932

		2004.12.06

		AD 8.16

		Presence functionality needs to be described in the PoC_CP


(OMA-POC-2004-1127)

		[2004.12.10]


No action required



		459 (453)

		2004.12.01

		AD 8.16

		Editorial:


PoC client --> PoC Client, PoC server --> PoC Server


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		460 (454)

		2004.12.01

		AD 8.16

		Editorial:


The Note in the last paragraph shall be a "stand-alone note" and not part of a paragraph (formatted as "NO")


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		1205

		2004.12.01

		AD 8.17

		There some shall in small caps. 


Also, a few “can”. Should they be understood as MAY or SHOULD ?   


(OMA-POC-2004-1107)

		[2004.12.10]


Siemens has taken AI to write the contribution with other issues.



		461 (455)

		2004.12.01

		AD 8.17

		Technical:


What is Poc User access policy and  what is incoming Poc session barring? Which part is the one stored in PoC XDMS via XCAP? And which is handle the Poc Server via SIP. See also 8.26.


(OMA-POC-2004-1088)

		[2004.12.10]


This section 


8.18 and 8.19 specify this.


AI: contribution assigned to Ericsson



		1866

		2004.12.06

		AD 8.17.1

		Technical


The PoC user access policy shall support the following actions:


Allow/block user and groups incoming session request


Allow users to be treated in auto answer mode


Need to add "Allow users to accept Manual Answer Override requests"


(OMA-POC-2004-1122)

		[2004.12.10]


AI: Ericsson to write contribution.



		462 (456)

		2004.12.01

		AD 8.17.1

		Technical:


end user --> PoC User?


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		463 (457)

		2004.12.01

		AD 8.17.1

		Editorial:


Remove empty lines. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		464 (458)

		2004.12.01

		AD 8.17.2

		Editorial:


Remove empty line. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		465 (459)

		2004.12.01

		AD 8.17.2 paragraph 1

		Technical:


can be used --> is used?


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		466 (460)

		2004.12.01

		AD 8.17.3

		Technical:


described in the [GM AD] --> specified in [GM AD]


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		467 (461)

		2004.12.01

		AD 8.17.3

		Editorial:


Remove spaces. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		468 (462)

		2004.12.01

		AD 8.18

		Editorial:


The title: Incoming PoC session barring --> Incoming PoC Session Barring


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		469 (463)

		2004.12.01

		AD 8.19

		Editorial:


The title: Incoming PoC session barring --> Incoming Instant Personal Alert Barring


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		470 (464)

		2004.12.01

		AD 8.19

		Editorial:


"If the PoC user has set the Instant Personal Alert barring active, then the Participating PoC function of the recipient PoC client SHALL NOT send the received Instant Personal Alert and SHALL send a ‘busy’ response towards the sending PoC client." --> "If the PoC User has set the Incoming Instant Personal Alert Barring active, then the Participating PoC Function of the recipient PoC Client SHALL NOT send the received Instant Personal Alert and SHALL send a ‘busy’ response towards the sending PoC Client."


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		1821

		2004.12.06

		AD 8.2.1

		The document should not refer to obsoleted RFC2806. As a consequence it should not recommend the use of dial strings in Tel URIs, since this is forbidden in RFC3966. The statement about “local format using a local dialing plan and prefix” is wrong. Prefix information is not part of a TEL URI anymore. In addition, section 5.1 of this RFC requests “All phone numbers MUST use the global form unless they cannot be represented as such.” thus further restricting the use of local formats to private numbers, service numbers etc. 


Proposal:


In the 1st para, replace the reference to RFC2806 with RFC3966.


Replace the whole 2nd paragraph:


 “The phone number MAY use the international E.164 [ITU-T E.164] format (prefixed with a ‘+’ sign), or a local format using a local dialing plan and prefix.  The SIP Core shall interpret the phone number with a leading ‘+’ to be an E.164 number.” 


with:


“The restrictions of RFC 3966 regarding the use of local Tel URI formats MUST be strictly followed. This means, e.g., that a public phone number in a TEL URI MUST be represented by its international E.164 [ITU-T E.164] format (prefixed with a ‘+’ sign).”


(OMA-POC-2004-1121)

		[2004.12.10]


Commentator has changed mind since it was submitted.


The scond sentence would be modified.


AI: contribution assigned to Siemens.



		410 (405)

		2004.12.01

		AD 8.2.1

		Can a Poc group be addressed by a TEL.?????? Last paragraph talks about a "Poc session" . Shall it be other POC user and not Poc session?? Perhaps a NOTE explaining that PoC Groups are addressed with SIP URI is needed?


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Ericsson



		411 (406)

		2004.12.01

		AD 8.2.2

		Editorial:


A PoC user may address another user by a SIP URI. --> A PoC User may address another PoC User by a SIP URI.


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		471 (465)

		2004.12.01

		AD 8.20

		Technical:


to cease incoming talk bursts --> to deactivate incoming talk bursts


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		472 (466)

		2004.12.01

		AD 8.20

		Technical:


The title could be renamed to "Deactivate/reactivate incoming talk bursts"


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		008 (008)

		2004.11.23

		AD 8.21

		Align style of bullets with rest of document.


(OMA-POC-2004-1058)

		[2004.11.24]


Valid comment.


AI: correction assigned to AD Editor



		473 (467)

		2004.12.01

		AD 8.21

		Editorial:


"Talk Burst Request Priority Levels" is not defined and should be changed to "Talk Burst request priority levels"


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		474 (468)

		2004.12.01

		AD 8.21

		Editorial:


Align style of bullets. The bullets should be level 1. At the moment level 2 style bullets are used.


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		475 (469)

		2004.12.01

		AD 8.21

		This section should be part of the Talk Burst Control Section. Consider moving it to become a subsection to 8.9


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		476 (470)

		2004.12.01

		AD 8.21 paragraph after bullet list

		Editorial:


which supports --> that supports. Align bullets.


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		477 (471)

		2004.12.01

		AD 8.22

		Technical:


Uses different terminology than in the definitions section and the rest of the document. Consider changing one-to-one topology to 1-1 PoC Session or at least refer to what session different topologies is using


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		478 (472)

		2004.12.01

		AD 8.22.1

		Technical:


The term PoC media is used. The expression is undefined and I don't understand what it means.


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment. It means "RTP"


AI: correction assigned to AD Editor



		479 (473)

		2004.12.01

		AD 8.22.2

		Technical:


The term PoC media is used. The expression is undefined and I don't understand what it means.


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment. It means "RTP"


AI: correction assigned to AD Editor



		480 (474)

		2004.12.01

		AD 8.22.2

		Editorial:


Pre-arranged Group --> Pre-arranged PoC Group


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		481 (475)

		2004.12.01

		AD 8.22.3

		Technical:


The term PoC media is used. The expression is undefined and I don't understand what it means.


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment. It means "RTP"


AI: correction assigned to AD Editor



		482 (476)

		2004.12.01

		AD 8.22.3

		Editorial:


Pre-arranged Group --> Pre-arranged PoC Group


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		483 (477)

		2004.12.01

		AD 8.22.3

		Editorial:


Remove spaces and some other strange characters. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		2404

		2004.12.07

		AD 8.23

		Technical


This comment considers the completeness of references for DM:  The Lucent reviewer understands the following reference should be added to the AD: 


SyncML Device Management Bootstrap, version 1.1.2


And also the following, if it's ready in time:


OMA-DM-2004-0179R01-OMNA-MO-Process-update


(OMA-POC-2004-1140)

		[2004.12.13]


AI: Lucent to contact experts on DM to confirm the completion date.



		484 (478)

		2004.12.01

		AD 8.23

		Editorial:


Remove spaces and the empty line. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		485 (479)

		2004.12.01

		AD 8.23

		Editorial:


PoC UE --> PoC Client


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		486 (480)

		2004.12.01

		AD 8.23

		Editorial:


Use capital letters when using normative text. shall -> SHALL


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		1867

		2004.12.06

		AD 8.24

		Editorial


Need to add PDP to abbreviations 


(OMA-POC-2004-1122)

		[2004.12.07]


Valid comment.


AI: correction assigned to AD Editor



		487 (481)

		2004.12.01

		AD 8.24

		Technical:


Strange reference [2.1] does not exist.


(OMA-POC-2004-1088)

		[2004.12.10]


AI: Motorola to write contribution.



		1868

		2004.12.06

		AD 8.25

		Editorial


Need to add CS to abbreviations 


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		488 (482)

		2004.12.01

		AD 8.25

		Editorial:


Remove spaces and the empty line. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		489 (483)

		2004.12.01

		AD 8.25

		Editorial:


The Note shall be formatted using "NO" and upper case.


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		490 (484)

		2004.12.01

		AD 8.26 

		Technical:


A intro explaining that this is dynamic may be required to differentiate between static and dynamic. Remember that from the beginning it was the same interface.


(OMA-POC-2004-1088)

		



		1206

		2004.12.01

		AD 8.26.1

		“ […] invitations to the Served PoC Server. “


Should be “Served PoC User” 


(OMA-POC-2004-1107)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		2542

		2004.12.07

		AD 8.26.1

		Technical:


Remove the last words “unless Manual Answer Override is requested.” because they are misleading.


(OMA-POC-2004-1145)

		[2004.12.10]


Valid comment.


AI: contribution assigned to RIM



		2587

		2004.12.10

		AD 8.26.1

		The last paragraph described a “Manual Answer Mode override” request. It is not clear which security mechanisms are used to prevent unauthorized use of this feature. This section should include, which entity has this authority (PoC Server ?) and under which circumstances this is applied.


(OMA-POC-2004-1144)

		[2004.12.10]


Inclusion of this comment was missing. Originally submitted on 2004.12.07.


[2004.12.13]

AI: contribution Siemens inclouded



		1933

		2004.12.06

		AD 8.26.2

		Procedures of setting on the ISB and IAB are not described in the PoC_CP specs


(OMA-POC-2004-1127)

		[2004.12.10]


This is a comment against CP.



		1934

		2004.12.06

		AD 8.26.3

		Procedures of setting on the ISB and IAB are not described in the PoC_CP specs


(OMA-POC-2004-1127)

		[2004.12.10]


This is a comment against CP.



		491 (485)

		2004.12.01

		AD 8.26.3

		Editorial:


The correct title should be Incoming Instant Personal Alert Barring (IAB)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		492 (486)

		2004.12.01

		AD 8.26.3 paragraph 2

		Editorial:


ISB --> IAB


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		005 (005)

		2004.11.23

		AD 8.3

		Delete second last paragraph regarding the replacing of display name as not specified in PoC CP.


(OMA-POC-2004-1058)

		[2004.11.24]


This is feature in RD. The comment rejected. -- Commentator accepted.


At the same time, this sentence was found confusing with the usage of "SHALL". The sentence shall be improved to indicate the optionality. Also input to CP needed.



		413 (408)

		2004.12.01

		AD 8.3

		Technical:


In the case the PoC address is restricted Section 8.8 applies. --> In the case the PoC address is restricted the procedure specified in subclause 8.8 "Privacy" SHALL apply.


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Ericsson



		2402

		2004.12.07

		AD 8.4

		What is the relationship between the CP specification and the PoC charging architecture described in sect. 8.4 of OMA-AD-PoC-V1_0-20041117-D?


We understand that the PoC charging specification has been tasked to 3GPP but OMA is still responsible for ensuring consistency of its PoC specifications, including the charging aspects.


Transparency of the 3GPP PoC specification is required to ensure that it is consistent with the PoC enabler release charging requirements/architecture. We therefore recommend that the CP specification contains a forward reference to the 3GPP PoC specification and verification that it will be consistent with the AD and RD.


(OMA-POC-2004-1140)

		[2004.12.13]

3GPP TS 32.272

AI: Lucent to write contribution.



		414 (409)

		2004.12.01

		AD 8.4

		Technical:


In the case the PoC address is restricted Section 8.8 applies. --> In the case the PoC address is restricted the procedure specified in subclause 8.8 "Privacy" SHALL apply.


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Ericsson



		415 (410)

		2004.12.01

		AD 8.4

		Editorial:


PoC participant not defined. Use Participant


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		1852

		2004.12.06

		AD 8.5.1

		Editorial:


Prior to using the PoC service the UE running the PoC Client SHALL perform SIP registration to the SIP/IP Core according to [RFC3261],


Modify to


Prior to using the PoC service the UE hosting the PoC Client SHALL perform SIP registration to the SIP/IP Core according to [RFC3261],


(OMA-POC-2004-1122)

		[2004.12.07]


Valid comment.


AI: correction assigned to AD Editor



		1853

		2004.12.06

		AD 8.5.1

		Technical


Need to add here "The PoC Client SHALL indicate in the REGISTER request that this is a PoC registration so that it is possible for the SIP/IP Core to route the terminating requests to the PoC Client."


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment


Text not exactly correct.


AI: contribution assigned to RIM



		1927

		2004.12.06

		AD 8.5.1

		“Implicit” registration functionality is not described in the PoC_CP specs and a relevant reference is not given.


(OMA-POC-2004-1127)

		[2004.12.10]


Two opinions


- This comment to CP.


- This comment to 3GPP.


Needs to be investigated.


OPEN.


AI: Vodafone to investigate this issue



		416 (411)

		2004.12.01

		AD 8.5.1

		Editorial:


according to [RFC3261] --> according to rules and procedures of [RFC3261]


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		417 (412)

		2004.12.01

		AD 8.5.1

		Editorial:


Remove spaces and some other strange characters. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		418 (413)

		2004.12.01

		AD 8.5.1

		Technical:


the reference [3GPP2 X.P0013.4] is incorrect.


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Ericsson



		419 (414)

		2004.12.01

		AD 8.5.1

		Editorial:


Use of definition PoC communication that is not defined. Rephrase to: communicate using PoC or define


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		420 (415)

		2004.12.01

		AD 8.6

		Technical:


The term mobile originating and mobile terminating is used in this subclause but nowhere else in the document. Do we need to define something or simply remove the word mobile?


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: correction assigned to AD Editor



		421 (416)

		2004.12.01

		AD 8.6.1

		Editorial:


originating user --> originating PoC User, terminating user --> terminating PoC User


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		422 (417)

		2004.12.01

		AD 8.6.1

		Technical:


the reference [3GPP2 X.P0013.4] is incorrect.


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: correction assigned to AD Editor



		423 (418)

		2004.12.01

		AD 8.6.1.1

		Technical:


The word "request" is used in this subclause. Do we mean SIP request? 


(OMA-POC-2004-1088)

		[2004.12.06]


No more issue. Withdrawn.



		424 (419)

		2004.12.01

		AD 8.6.1.1

		Editorial:


Use of definition PoC communication that is not defined. Rephrase to: communicate using PoC or define


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		425 (419)

		2004.12.01

		AD 8.6.1.1

		Editorial:


Use of definition PoC communication that is not defined. Rephrase to: communicate using PoC or define


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		1854

		2004.12.06

		AD 8.6.1.2

		Technical


When the PoC Server in the terminating network receives the request it performs the necessary terminating service control. If the service control determines that the session establishment SHOULD continue then the terminating PoC Server routes the request to the terminating user via the terminating SIP/IP Core.


Should be PoC Client not user


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


Replace "user" by "Client"


AI: correction assigned to AD Editor



		426 (420)

		2004.12.01

		AD 8.6.1.2

		Technical:


The word "request" is used in this subclause. Do we mean SIP request? 


(OMA-POC-2004-1088)

		[2004.12.06]


No more issue. Withdrawn.



		427 (421)

		2004.12.01

		AD 8.6.1.2

		Editorial:


The NOTE shall be formatted using "NO" instead of "body text".


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		412 (407)

		2004.12.01

		AD 8.7

		It exists also XCAP/HTTP security. Add a reference to group management???


(OMA-POC-2004-1088)

		[2004.12.06]


No more issue. Withdrawn.



		428 (422)

		2004.12.01

		AD 8.7

		Editorial:


user plane --> User Plane


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		1203

		2004.12.01

		AD 8.7.1

		“underlaying” should be underlying


(OMA-POC-2004-1107)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		1855

		2004.12.06

		AD 8.7.1

		Editorial


When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, and the user equipment contains USIM/ISIM or UIM/R-UIM, the mutual authentication SHALL be applied as specified in [3GPP TS 33.203]/[3GPP2 S.R0086-0]


Note:  RFC 3261 mandates the support of the [RFC 2617] for authentication.


None of these references appear in the references section neither do the abbreviations USIM/ISIM, UIM/R-UIM


(OMA-POC-2004-1122)

		[2004.12.07]


Valid comment.


AI: correction assigned to AD Editor



		1928

		2004.12.06

		AD 8.7.1

		Note is unclear, what does it mean that RFC 3261 mandates RFC 2617 for authentication?  Remove note: What does this note add to the text?


(OMA-POC-2004-1127)

		[2004.12.07]


Note shall not be removed. Re-phrasing may be needed.


Noted.



		2582

		2004.12.10

		AD 8.7.1

		The first paragraph is not clear regarding what exactly does the PoC Server rely upon the SIP/IP core to provide. 


Please state which security services are assumed to be provided by the SIP/IP core so that the PoC server SHOULD rely on these services (e.g. authentication, integrity protection and confidentiality protection, authorization)


(OMA-POC-2004-1144)

		[2004.12.10]


Inclusion of this comment was missing. Originally submitted on 2004.12.07.


[2004.12.13]

???



		429 (423)

		2004.12.01

		AD 8.7.1

		Editorial:


The NOTE shall be formatted using "NO" instead of "body text".


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		430 (424)

		2004.12.01

		AD 8.7.1

		Editorial:


Remove spaces and empty lines. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		431 (425)

		2004.12.01

		AD 8.7.1

		Editorial:


RFC 3261 --> [RFC3261]


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		1856

		2004.12.06

		AD 8.7.2

		Editorial


The PoC service user plane communication between PoC client and PoC server, and between PoC servers is protected with existing mechanisms being defined for radio access (3GPP GPRS or 3GPP2 PDN) and with secured connections between the network domains. 


GPRS and PDN are not in the abbreviations


(OMA-POC-2004-1122)

		[2004.12.07]


Valid comment.


AI: correction assigned to AD Editor



		2583

		2004.12.10

		AD 8.7.2

		This section does not mention the need for IP address spoofing protection by the IP transport network (i.e. user plane). Although most GGSN (in 3GPP) offer this service it is not clear whether this functionality is assumed or optional.


(OMA-POC-2004-1144)

		[2004.12.10]


Inclusion of this comment was missing. Originally submitted on 2004.12.07.


[2004.12.13]

If PoC does not use IMS, security measure is needed


Vodafone



		432 (426)

		2004.12.01

		AD 8.7.2

		Editorial:


The title: User plane security --> User Plane security


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		433 (427)

		2004.12.01

		AD 8.7.2

		Editorial:


Check terminology PoC server --> PoC Server, etc


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		434 (428)

		2004.12.01

		AD 8.7.2

		Editorial:


Remove empty lines. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		1216

		2004.12.01

		AD 8.8

		As per section 8.8, The PoC Server performing the Controlling PoC Function SHALL provide the privacy of the PoC addresses of PoC participants when providing the participant information notifications. However, providing privacy has not been listed as a function of controlling PoC server in section 6.1.6.1


(OMA-POC-2004-1108)

		[2004.12.07]


Same as previous privacy comment in [436]



		1857

		2004.12.06

		AD 8.8

		Editorial


A PoC user MAY request privacy for the identity of the user meaning that the PoC Address of the user is hidden from other PoC users.  The PoC Client SHALL use mechanisms defined in [RFC3323] and [RFC3325] to request privacy for the identity, i.e. the user’s PoC Address. 


RFC 3323 and RFc 3325 are not in the references


(OMA-POC-2004-1122)

		[2004.12.07]


Valid comment.


AI: correction assigned to AD Editor



		435 (429)

		2004.12.01

		AD 8.8

		Editorial:


user’s PoC Address --> PoC User’s PoC Address (several places)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		436 (430)

		2004.12.01

		AD 8.8

		Editorial:


The PoC Server performing the Controlling PoC Function SHALL retain privacy information of the PoC participants a duration of  the PoC session. --> · The PoC Server performing the Controlling PoC Function SHALL retain privacy information of the PoC participants for the duration of the PoC session.


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		006 (006)

		2004.11.23

		AD 8.9

		Align style of bullets with rest of document.


(OMA-POC-2004-1058)

		[2004.11.24]


Valid comment.


AI: correction assigned to AD Editor



		1858

		2004.12.06

		AD 8.9

		Technical


Timestamp based queuing is missing from this section


(OMA-POC-2004-1122)

		[2004.12.10]


Valid comment.


AI: contribution assigned to RIM/LG



		1929

		2004.12.06

		AD 8.9

		Rephrase last sentence to: “The PoC Server SHALL be able to configure the number of positions in a talk burst queue”


(OMA-POC-2004-1127)

		



		1936

		2004.12.06

		AD 8.9

		Last paragrah, question: But if not all POC clients involved in a session support queued talk burst arbitration, is the feature enabled?


(OMA-POC-2004-1127)

		[2004.12.10]


This section has nothing to do with queuing. No action required.



		437 (431)

		2004.12.01

		AD 8.9

		Technical:


PoC Session Identifier, we don't have that, the UDP port is used. Remove PoC Session Identifier


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment.


AI: contribution assigned to Nokia



		438 (432)

		2004.12.01

		AD 8.9

		Editorial:


Title Talk Burst Arbitration --> Talk Burst arbitration (or do we need a new definition?)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		439 (433)

		2004.12.01

		AD 8.9

		Technical:


Section called Talk Burst Arbitration but only Talk Burst Control is defined in section 3. Change or define


(OMA-POC-2004-1088)

		[2004.12.06]


Valid comment. Change "implies" to "requires"


AI: correction assigned to AD Editor



		440 (434)

		2004.12.01

		AD 8.9

		Technical:


The half duplex mode implies that before a PoC Client can send a talk burst the PoC Client SHALL negotiate on the permission to send a talk burst. Change to: The half duplex nature of the PoC service implies that before a PoC Client can send a talk burst the PoC Client SHALL negotiate the permission to send a talk burst


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment. Almost editorial.


AI: correction assigned to AD Editor



		441 (435)

		2004.12.01

		AD 8.9 bullet 3 sub-bullet 1

		Editorial:


section 8.21 --> subclause 8.21 "Talk Burst request priority levels"


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		442 (436)

		2004.12.01

		AD 8.9 second last paragraph

		Editorial:


Participating PoC Server --> PoC Server performing the Participating PoC Function, Controlling PoC Server --> PoC Server performing the Controlling PoC Function


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		493 (487)

		2004.12.01

		AD 9

		Use of wrong definitions in 8 and sub-sections. Change to: PoC server->PoC Server, PoC user->PoC User, PoC function->PoC Function, PoC session->PoC Session, PoC group->PoC Group, SIP session->SIP Session, SIP/IP core->SIP/IP Core etc


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		494 (488)

		2004.12.01

		AD 9

		Editorial:


sub-clauses --> subclauses


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		495 (489)

		2004.12.01

		AD 9

		Technical:


The whole clause is a mix of informative text and normative text. My proposal is to change the clause to only be informative. The clauses 5 - 8 takes care about the normative part. (If something is missing and only described in clause 9 a new subclause should be introduced instead. 


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		498 (492)

		2004.12.01

		AD 9

		Technical. The interworking between POC server and PoCXDMS and  shared XDMS is not shown in any text or in any sequence. 


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		496 (490)

		2004.12.01

		AD 9 the whole clause

		Editorial:


Remove spaces and the empty lines. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		497 (491)

		2004.12.01

		AD 9 the whole clause

		Editorial:


References to figures are missing the title e.g. "Figure 34 shows .." should be Figure 34 "<title of figure>" shows.."


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		499 (493)

		2004.12.01

		AD 9.1.1

		Editorial:


The last sentence in the first paragraph should be a separate paragraph.


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		500 (494)

		2004.12.01

		AD 9.1.1 bullet 1

		Editorial:


Title of subclause 8.5 is missing


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		501 (495)

		2004.12.01

		AD 9.1.1 bullet 2

		Editorial:


After the pre-established session the PoC Client is able to activate media bearer whenever needed --> After the Pre-established Session is established the PoC Client is able to activate media bearer whenever needed


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		502 (496)

		2004.12.01

		AD 9.1.2

		Editorial:


In the title "Flow" should be in lower case.


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		503 (497)

		2004.12.01

		AD 9.1.2

		Editorial:


Remove spaces and the empty line. (switch on hidden characters to see better)


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		504 (498)

		2004.12.01

		AD 9.1.2 last paragraph

		Editorial:


section 9.2 --> subclause 9.2 "Ad-hoc PoC group session and 1-1 PoC session setup"


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		556 (542)

		2004.12.01

		AD 9.10

		Technical:


Normative text in the flow sections


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		557 (543)

		2004.12.01

		AD 9.11

		Technical:


Normative text in the flow sections


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		558 (544)

		2004.12.01

		AD 9.11

		Technical:


PoC Servers in the figures do not have any controlling or participating role, is this correct? Change if needed


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		1214

		2004.12.01

		AD 9.11.1.1

		A reference is missing


(OMA-POC-2004-1107)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		559 (545)

		2004.12.01

		AD 9.11.1.1

		Editorial:


Missing reference: Reference source not found. Put in correct cross-reference


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		560 (546)

		2004.12.01

		AD 9.11.2.1

		Technical:


Normative text in the flow description


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		561 (547)

		2004.12.01

		AD 9.11.2.2

		Technical:


Normative text in the flow description


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		562 (548)

		2004.12.01

		AD 9.12.1

		Editorial:


PoC Media, talk burst control and signal quality information is passed across the POC-3 and POC-4 interfaces. Change to: RTP media Talk Burst Control messages and Quality feedback messages are passes across the POC-3 and POC-4 interfaces


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		563 (549)

		2004.12.01

		AD 9.12.1

		Technical:


All media flows through the Participating PoC Function (if inserted in the transport path) and is terminated in the Controlling PoC Function. This is not true since the controlling PoC Function is a RTP translator. The media go end-to-end. But the CF controls the media flow so the sentence should be rephrased


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		564 (550)

		2004.12.01

		AD 9.13

		Editorial:


Normative text in the flow sections


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		565 (551)

		2004.12.01

		AD 9.13 subsections of

		Editorial:


use of User A and user B. Change to PoC User A and PoC User B


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		566 (552)

		2004.12.01

		AD 9.13.1.1

		Technical:


Normative text in the flow sections


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		567 (553)

		2004.12.01

		AD 9.13.1.1

		Editorial:


use of controlling PoC server. Change to: PoC Server performing the Controlling PoC Function


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		568 (554)

		2004.12.01

		AD 9.13.1.1

		Technical:


Normative text in the flow description


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		569 (555)

		2004.12.01

		AD 9.13.1.3

		Technical:


Normative text in the flow description


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		570 (556)

		2004.12.01

		AD 9.13.2

		Technical:


Normative text in the flow sections


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		571 (557)

		2004.12.01

		AD 9.13.2 and subsections

		Editorial:


use of controlling PoC server. Change to: PoC Server performing the Controlling PoC Function


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		572 (558)

		2004.12.01

		AD 9.13.2.1

		Technical:


Normative text in the flow description


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		573 (559)

		2004.12.01

		AD 9.13.2.2

		Technical:


Normative text in the flow description


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		574 (560)

		2004.12.01

		AD 9.13.2.3

		Normative text in the flow description


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		575 (561)

		2004.12.01

		AD 9.13.2.4

		Normative text in the flow description


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		576 (562)

		2004.12.01

		AD 9.13.2.5

		Normative text in the flow description


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		577 (563)

		2004.12.01

		AD 9.14 bullet 1e, 2e

		Editorial:


Incoming Alert Barring --> Incoming Instant Personal Alert Barring


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		505 (499)

		2004.12.01

		AD 9.2 and subsections

		Technical:


invited PoC subscriber, PoC subscriber A accepts, inviting PoC subscriber. Should it not be invited PoC User?, PoC User A accepts, inviting PoC User,...


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		1222

		2004.12.01

		AD 9.2.1 

		Editorial:


Section 9.2.1.2 says ‘Unconfirmed indication using on-demand session’ describes a case where right-to-speak indication is given to the inviting PoC subscriber when the invited PoC subscriber is registered and uses automatic answer. As this section describes Ad-Hoc group session invitation, there will be more than one invited PoC Subscribers, and the underlined part above of the section should be replaced by “one of the invited PoC Subscribers.”


(OMA-POC-2004-1108)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		506 (500)

		2004.12.01

		AD 9.2.1

		Editorial:


Check terminology subchapter --> subclause, Chapter --> Subclause, referenced subclause titles shall be doubble-qouted and in italic style. + many more


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		507 (501)

		2004.12.01

		AD 9.2.1

		Editorial:


Clean up Figures, PoCClient-> PoC Client, PoCclientA-> PoC Client A, PoC server A-> PoC Server A . Clean up the figure 12, 13, 14, 15 ->


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		2539

		2004.12.07

		AD 9.2.1.1

		Technical:


Bullet 3.  Clarification in last sentence to provide consistent meaning.  Change “ringing” to “alerting” as follows: “When the first ALERTING response is received the PoC server A (participating & controlling) sends alerting response towards the PoC Client A.”.


(OMA-POC-2004-1108R03)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		2540

		2004.12.07

		AD 9.2.1.1

		Technical:


The PoC server can take on 2 roles, either a B2BUA or a SIP proxy.  The conditions stated here are for the B2BUA case.  If the server is acting as a SIP proxy, it would pass the OK on.


(OMA-POC-2004-1108R03)

		[2004.12.10]


Comment withdrawn.



		2541

		2004.12.07

		AD 9.2.1.3

		Technical:


Bullet 1and Bullet 2.  PoC Session Identity is also sent in the REFER.  Suggest replacing conference-URI with “PoC Session Identity”.


(OMA-POC-2004-1108R03)

		[2004.12.10]


Valid comment.


This may be covered in Siemens contribution in #1067



		508 (502)

		2004.12.01

		AD 9.2.1.3

		Technical:


The figure and the steps is missing the TBCP Connect/TBCP Ack message


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson/Siemens



		509 (503)

		2004.12.01

		AD 9.2.1.4

		Technical:


The figure and the steps is missing the TBCP Connect/TBCP Ack message


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson/Siemens



		510 (504)

		2004.12.01

		AD 9.2.2.1

		Editorial:


...PoC Address of the PoC participant at the PoC Client sending the talk burst. Should be Participant


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		1939

		2004.12.06

		AD 9.2.2.2

		for the note at the end of this section: This could imply some problems with Service Based Local Policy procedures. In this case the GGSN could filter downlink packets. The modification on the user plane (server IP address) shall imply a SIP session renegotiation procedure. Moreover how the handset could know at sip level the address of the controlling poc server without a renegotiation? This could also lead to IP version interworking problems in case of IMS roaming scenarios


(OMA-POC-2004-1127)

		[2004.12.10]


Participating PoC Function B is always on the media path.


AI: AD Editor to remove this note.



		511 (504)

		2004.12.01

		AD 9.2.2.2

		Editorial:


...PoC Address of the PoC participant at the PoC Client sending the talk burst. Should be Participant


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		514 (505)

		2004.12.01

		AD 9.2.2.2

		Technical:


The figure and the steps is missing the TBCP Connect/TBCP Ack message


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson/Siemens



		512 (504)

		2004.12.01

		AD 9.2.2.3

		Editorial:


...PoC Address of the PoC participant at the PoC Client sending the talk burst. Should be Participant


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		515 (506)

		2004.12.01

		AD 9.2.2.3

		Technical:


The introduction text does not make it clear that the scenario is valid for on-demand session and pre-established session


(OMA-POC-2004-1088)

		[2004.12.10]


Comment is valid but need clarification (Ericsson).



		1940

		2004.12.06

		AD 9.2.2.4

		Same comment as for note at end of 9.2.2.2


(OMA-POC-2004-1127)

		[2004.12.10]


Needs clarification.


Noted.



		513 (504)

		2004.12.01

		AD 9.2.2.4

		Editorial:


...PoC Address of the PoC participant at the PoC Client sending the talk burst. Should be Participant


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		516 (507)

		2004.12.01

		AD 9.2.2.4

		Technical:


The title should be changed to: 9.2.2.4 Manual answer override case - On-demand session


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		517 (508)

		2004.12.01

		AD 9.2.2.4

		Editorial:


The notes have wrong syntax. Change Note: to NOTE:


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		518 (509)

		2004.12.01

		AD 9.2.2.4

		Technical:


What is the re-INVITE? Should re-INVITE be used without being part of the figure, if not a better explanation should be given


(OMA-POC-2004-1088)

		[2004.12.10]


???



		009 (009)

		2004.11.23

		AD 9.3.1.1

		Delete Note2 at the end of this paragraph, as a subscription to the session setup event was deleted in the referenced section.


(OMA-POC-2004-1058)

		[2004.11.24]


Valid comment.


AI: correction assigned to AD Editor



		519 (510)

		2004.12.01

		AD 9.3.1.1

		Editorial:


The 2 notes shall be formatted using "NO" instead of "AltNormal"


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		010 (010)

		2004.11.23

		AD 9.3.1.2

		Delete Note2 at the end of this paragraph, as a subscription to the session setup event was deleted in the referenced section.


(OMA-POC-2004-1058)

		[2004.11.24]


Valid comment.


AI: correction assigned to AD Editor



		520 (511)

		2004.12.01

		AD 9.3.1.2

		Technical:


The figure 21 does not show (in boxes) what happens between INVITE and UNCONFIRMED 


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		521 (512)

		2004.12.01

		AD 9.3.1.2

		Editorial:


The 2 notes shall be formatted using "NO" instead of "AltNormal"


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		011 (011)

		2004.11.23

		AD 9.3.1.3

		“URI indicating …” and “Conference URI…” are not defined and therefore should be changed to “Pre-arranged group identity” or “PoC session identity” depending on it’s usage wherever mentioned in this paragraph.


(OMA-POC-2004-1058)

		[2004.11.24]


Valid comment.


AI: contribution assigned to Siemens



		522 (513)

		2004.12.01

		AD 9.3.1.3

		Technical:


The figure 21 does not show (in boxes) what happens between INVITE and UNCONFIRMED 


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		012 (012)

		2004.11.23

		AD 9.3.1.4

		“URI indicating …” and “Conference URI…” are not defined and therefore should be changed to “Pre-arranged group identity” or “PoC session identity” depending on it’s usage wherever mentioned in this paragraph.


(OMA-POC-2004-1058)

		[2004.11.24]


Valid comment.


AI: contribution assigned to Siemens



		523 (514)

		2004.12.01

		AD 9.3.1.4

		Technical:


Some text is needed as introduction describing the scenario.


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		524 (515)

		2004.12.01

		AD 9.3.2.1.1

		Technical:


The TBCP Connect message is missing


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		525 (516)

		2004.12.01

		AD 9.3.2.1.1

		Editorial:


The note shall be formatted using "NO" instead of "Normal"


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		526 (517)

		2004.12.01

		AD 9.3.2.1.2

		Editorial:


The note shall be formatted using "NO" instead of "Normal"


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		527 (518)

		2004.12.01

		AD 9.3.2.1.2

		Editorial:


user is able….Change to: PoC user is able…


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		528 (519)

		2004.12.01

		AD 9.3.2.2.1

		Technical:


The introduction to the subclause should say that the scenario is valid for both on-demand and pre-established session 


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		529 (520)

		2004.12.01

		AD 9.3.2.2.1

		Editorial:


The note shall be formatted using "NO" instead of "Normal"


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		1207

		2004.12.01

		AD 9.3.2.2.2

		The figure 27 describes MAO. If MAO is accepted, the SIP/IP Core B does not send re-invite (step 7,8).


Please modify steps 7,8 to show automatic answer (MAO was accepted), or state that the figure 27 describes MAO if rejected.


(OMA-POC-2004-1107)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Siemens



		530 (521)

		2004.12.01

		AD 9.3.2.2.2

		Technical:


The introduction to the subclause should say that the scenario is valid for both on-demand and pre-established session 


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		531 (522)

		2004.12.01

		AD 9.3.2.2.2

		Editorial:


The note shall be formatted using "NO" instead of "Normal"


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		532 (523)

		2004.12.01

		AD 9.4

		Editorial:


Normative text in the flow sections


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		533 (524)

		2004.12.01

		AD 9.5.1

		Editorial:


The bullet below figure shall be formatted as "NO" and moved to be between caption and figure.


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		534 (525)

		2004.12.01

		AD 9.5.1 paragraph 1

		Editorial:


section 9.5.3 shall be subclause 9.5.3 and with the title in "" and italic.


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		013 (013)

		2004.11.23

		AD 9.5.2

		“Identifier of PoC session identity to leave” missing in bullet 1.


(OMA-POC-2004-1058)

		[2004.11.24]


Valid comment.


AI: correction assigned to AD Editor



		1208

		2004.12.01

		AD 9.5.2

		The figure 30 does not show NOTIFY, while CP (6.1.6.2) describes details of such NOTIFY.


Please add SIP NOTIFY to figure 6.1.6.2, or remove description from CP.


(OMA-POC-2004-1107)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Siemens



		535 (526)

		2004.12.01

		AD 9.5.2

		Editorial:


The note shall be formatted using "NO" instead of "Normal"


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		536 (527)

		2004.12.01

		AD 9.5.2

		Technical:


Normative text in the flow sections


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		539 (528)

		2004.12.01

		AD 9.5.2 paragraph 1

		Editorial:


section 9.5.4 shall be subclause 9.5.4 and with the title in "" and italic.


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		1941

		2004.12.06

		AD 9.5.3

		Should the bye contain a session id or is this implicit?


(OMA-POC-2004-1127)

		[2004.12.10]


Clear in CP. No action required.



		537 (527)

		2004.12.01

		AD 9.5.3

		Technical:


Normative text in the flow sections


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		1209

		2004.12.01

		AD 9.5.4

		Please replace “UP BYE” → “UP Disconnect” (step 7).


The UP BYE could be misinterpreted as RTCP BYE, which should not be sent.


(OMA-POC-2004-1107)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		538 (527)

		2004.12.01

		AD 9.5.4

		Technical:


Normative text in the flow sections


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		014 (014)

		2004.11.23

		AD 9.6.2

		“Conference URI…” is not defined and therefore should be replaced by “PoC Session identity” wherever mentioned in this paragraph.


(OMA-POC-2004-1058)

		[2004.11.24]


Valid comment.


AI: correction assigned to AD Editor



		015 (015)

		2004.11.23

		AD 9.7

		Optional MAO indication to be added to all messages in originating and terminating sub-clause.


(OMA-POC-2004-1058)

		[2004.11.24]


Valid comment.


Also consider mentioning that the MAO in this chapter is optional as other chapters do.


AI: contribution assigned to Siemens



		1210

		2004.12.01

		AD 9.7

		“[…] and if allowed by the PoC group policy” 


PoC group policy is not defined in the document. Does it refer to “Group authorization rules”, 8.17.2


(OMA-POC-2004-1107)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		540 (529)

		2004.12.01

		AD 9.7

		Technical:


The introduction text to each scenario shall indicate if the scenario is valid for pre-establish session and/or on-demand.


(OMA-POC-2004-1088)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Ericsson



		541 (530)

		2004.12.01

		AD 9.7 and subsections

		Editorial:


Section headings: use of user. Should be PoC User


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		1942

		2004.12.06

		AD 9.7.1

		1-5 Isn’t the session id required also in this case? Or is it implicitly in the Refer message?


(OMA-POC-2004-1127)

		[2004.12.10]


No action required in AD (however discussion may continue in CP).



		542 (531)

		2004.12.01

		AD 9.8

		Technical:


The handling of simultaneous sessions is described in a normative way in this chapter. Why do we not have a 8.x chapter taking care of the normative part and let this part be just informative?


(OMA-POC-2004-1088)

		[2004.12.10]


AI: Ericsson to write contribution.



		543 (532)

		2004.12.01

		AD 9.8

		Technical:


Normative text in the flow sections


(OMA-POC-2004-1088)

		[2004.12.10]


AI: Nokia to write contribution.



		1211

		2004.12.01

		AD 9.8.1

		Shall in small caps


(OMA-POC-2004-1107)

		[2004.12.10]


AI: AD editor to change.



		1212

		2004.12.01

		AD 9.8.2 

		“[…] session setup, Figure 39 and Error!


Reference source not found” 


Reference is missing 


(OMA-POC-2004-1107)

		[2004.12.10]


AI: AD editor to correct the error.



		544 (533)

		2004.12.01

		AD 9.8.2

		Editorial:


Missing reference: Reference source not found. Put in correct cross-reference


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		545 (534)

		2004.12.01

		AD 9.8.2

		Editorial:


Use of term participating PoC Server. Change to PoC Server performing the Participating PoC Function


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		546 (535)

		2004.12.01

		AD 9.8.2

		Technical:


Normative text in the flow description


(OMA-POC-2004-1088)

		[2004.12.10]


AI: Nokia to write contribution.



		1213

		2004.12.01

		AD 9.8.3

		Prority instead of priority in the title


(OMA-POC-2004-1107)

		[2004.12.10]


AI: AD editor to correct the error.



		547 (536)

		2004.12.01

		AD 9.8.3

		Technical:


Normative text in the flow sections


(OMA-POC-2004-1088)

		[2004.12.10]


AI: Nokia to write contribution.



		548 (537)

		2004.12.01

		AD 9.8.3

		Editorial:


The notes have wrong syntax. Change Note: to NOTE:


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		549 (538)

		2004.12.01

		AD 9.8.4

		Editorial:


PoC client MAY participate…Change to: A PoC Client MAY participate…


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		550 (539)

		2004.12.01

		AD 9.8.4

		Editorial:


If there is voice stream in more than one PoC session... Change to: If there is a ongoing voice talk burst in more than one PoC session…


(OMA-POC-2004-1088)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		551 (540)

		2004.12.01

		AD 9.8.4

		Technical:


Possible that these sections and other normative stuff about simultaneous should be part of Section 8 instead


(OMA-POC-2004-1088)

		[2004.12.10]


AI: Nokia to write contribution.



		552 (540)

		2004.12.01

		AD 9.8.5

		Technical:


Possible that these sections and other normative stuff about simultaneous should be part of Section 8 instead


(OMA-POC-2004-1088)

		[2004.12.10]


AI: Nokia to write contribution.



		553 (540)

		2004.12.01

		AD 9.8.6

		Technical:


Possible that these sections and other normative stuff about simultaneous should be part of Section 8 instead


(OMA-POC-2004-1088)

		[2004.12.10]


AI: Nokia to write contribution.



		555 (541)

		2004.12.01

		AD 9.8.6

		Technical:


Messages Talk burst Taken and Talk burst Idle not defined in this document. Change to correct messages


(OMA-POC-2004-1088)

		[2004.12.10]


AI: Nokia to write contribution.



		554 (540)

		2004.12.01

		AD 9.8.7

		Technical:


Possible that these sections and other normative stuff about simultaneous should be part of Section 8 instead


(OMA-POC-2004-1088)

		[2004.12.10]


AI: Nokia to write contribution.



		1224

		2004.12.01

		AD Figure 3

		“Presence User Agent” box should say “Presence Source”, since PUA is not part of the OMA architecture (it is an example realization of a Presence Source)


(OMA-POC-2004-1108)

		[2004.12.10]


AI: Motorola to write contribution.



		1225

		2004.12.01

		AD Figure 3

		Reference point between SIP/IP Core and Presence Server should be PRS-3 (not PRS-2).


(OMA-POC-2004-1108)

		[2004.12.10]


AI: Motorola to write contribution.



		1226

		2004.12.01

		AD Figure 3

		“Watcher” box should be added to the figure along with PRS-2 reference point to SIP/IP Core.


(OMA-POC-2004-1108)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		1231

		2004.12.01

		AD General

		Globally change “GM” to “XDM”, and “Group Management” to “XML Document Management”


(OMA-POC-2004-1108)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		1232

		2004.12.01

		AD General

		Correct all references to GLMS.


(OMA-POC-2004-1108)

		[2004.12.10]


Valid comment.


AI: correction assigned to AD Editor



		1233

		2004.12.01

		AD General

		One-to-many-to-one is not covered in CP and UP documents. Delete or add an Editor’s note about postponing it to the next version of PoC.


(OMA-POC-2004-1108)

		



		1820

		2004.12.06

		AD General

		Replace references to RFC2806bis with reference to RFC 3966.


(OMA-POC-2004-1121)

		[2004.12.10]


Valid comment.


AI: contribution assigned to Siemens



		1969

		2004.12.06

		AD General

		Editorial:


“Display name” should be changed to e.g. “Nick name”, because OMA PoC doesn’t specify what exactly is displayed to the user.  In some circumstances the PoC Client may show a local display name, which is different from the one received over the air.


(OMA-POC-2004-1131)

		[2004.12.07]


Valid comment.


AI: correction assigned to AD Editor



		223 (221)

		2004.11.30

		AD General

		Editorial:


Edit AD according to rules of OMA-POC-2004-0752R01


(OMA-POC-2004-1085)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		307 (304)

		2004.12.01

		AD General

		Technical:


SIP/IP Core sometime with lower case (core) sometimes with uppercase (Core). Do we need to define SIP/IP Core in 2.2.


(OMA-POC-2004-1088)

		[2004.12.06]


It is rather editorial.


Group decided to include "SIP/IP Core" in definition.


AI: correction assigned to AD Editor



		308 (305)

		2004.12.01

		AD General

		Technical:


The term PoC communication is used here and there in the document. What is it? Do we need to define something?


(OMA-POC-2004-1088)

		[2004.12.06]


"PoC service" may be solution.


AI: contribution assigned to RIM



		224 (222)

		2004.11.30

		AD Table of Content

		Editorial:


Change ToC to cover all 5 levels of topics.


(OMA-POC-2004-1085)

		[2004.12.01]


Valid comment.


AI: correction assigned to AD Editor



		2545

		2004.12.07

		All

		Technical:


Check that in the end of resolving the consistency review comments the definitions are consistent among all PoC specifications (maybe RD should have own definitions).


(OMA-POC-2004-1145)

		



		1496

		2004.12.06

		CP 

7.2.1.5 (possibly others)

		The following privacy-related text is included in 7.2.1.5 and repeated in many other places:


“The PoC Server SHALL check whether the privacy is allowed in this Group, when anonymity is requested with the Privacy header containing the tag "id".  If not allowed, the PoC Server SHALL respond with a SIP 403 “Forbidden” error response to the originating network. Allowing privacy in the Group is defined using <provide-anonymity> element as specified in [POC XDM Specification].”


However, anonymity is granted based on a specific identity, it is not an attribute of the group. This should instead read:


“If anonymity is requested with the Privacy header containing the tag "id", the PoC Server SHALL check whether privacy is allowed for the Authenticated Originator’s PoC Address according to [POC XDM Specification].  If not allowed, the PoC Server SHALL respond with a SIP 403 “Forbidden” error response to the originating network.”


(OMA-POC-2004-1117)

		[2004.12.13]


AI: Motorola to write contribuiton



		174 (174)

		2004.11.29

		CP 

		Editorial:


Need to include list of Figures.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed  - Still need to add hyperlinks



		175 (175)

		2004.11.29

		CP 

		Editorial:


Need to include list of Tables


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor 


JW: No tables in CP



		1943

		2004.12.06

		CP

		Re-INVITE is used optionally to make various session modifications (eg put user on hold) this might generate unnecessary charging events in the S-CSCF. UPDATE is more appropriate for that purpose


(OMA-POC-2004-1128)

		[2004.12.13]

Some concern using UPDATE expressed.

AI: Vodafone to check the company opinion.



		1944

		2004.12.06

		CP

		Use of MAO depends on some authorization rules, where are these defined?


(OMA-POC-2004-1128) 

		[2004.12.13]

AI:Siemens to write contribution



		1945

		2004.12.06

		CP

		Is there a way to set “incoming session barring” per device if two devices use the same SIP URI?


(OMA-POC-2004-1128)

		[2004.12.13]


Answer is "NO"



		1946

		2004.12.06

		CP 

		Ad-Hoc group allows the establishment of group session without needing to store the group in the XDMS. This might be a potential charging “hijack” if users are getting charged to store groups in the XDMS


(OMA-POC-2004-1128)

		[2004.12.13]


Closed. JW: Charging for XDMS services has not yet been specified



		1949

		2004.12.06

		CP

		Replace references to “Privacy” header for anonymity from [RFC3323] and [RFC3325] to [3GPP TS 24.229]/[3GPP2 X.S0013-004] section 5.7.1.4 as this is an IMS specific setting.


(OMA-POC-2004-1128)

		[2004.12.13]


Closed. JW: Was this agreed?



		1593

		2004.12.06

		CP 7.2.1.8

		Technical


3. SHALL if a P-Alerting-Mode header with the value "MAO" is present in the incoming SIP INVITE request authorize whether the Served PoC User indicated by the Authenticated Originator's PoC Address is entitled to request Manual Answer Override and if not authorized the PoC Server SHALL return a SIP 403 “Forbidden” response. Otherwise, continue with the rest of the steps;


This check is in the wrong place should be in 7.3.1.5


Move bullet to 7.3.1.5


(OMA-POC-2004-1118)

		[2004.12.13]


Siemens contribution will cover this issue.



		2048

		2004.12.06

		CP  7.2.2.2

		Editorial:


Add ] after the [RFC 3550 in the bullet 3. c).


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1625

		2004.12.06

		CP 7.3.1.5

		Technical


Need to add this (move from 7.2.1.8)


SHALL if a P-Alerting-Mode header with the value "MAO" is present in the incoming SIP INVITE request authorize whether the Served PoC User indicated by the Authenticated Originator's PoC Address is entitled to request Manual Answer Override and if not authorized the PoC Server SHALL return a SIP 403 “Forbidden” response. Otherwise, continue with the rest of the steps;


(OMA-POC-2004-1118)

		[2004.12.13]


Siemens contribution will cover this issue.



		907

		2004.12.01

		CP 1

		Editorial: 


push to talk over cellular -> Push to Talk over Cellular


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2199

		2004.12.06

		CP 2

		Editorial:


Different line spacing has been used in various items. Should be aligned.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		908

		2004.12.01

		CP 2

		Editorial: 


Update references to OMA specs


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1147

		2004.12.01

		CP 2.1

		The [draft-conference-draft] reference is old. It’s recommended to use the “07” instead of 06 as below:


http://www.ietf.org/internet-drafts/draft-ietf-sipping-conference-package-07.txt


(OMA-POC-2004-1106)

		[2004.12.13]


AI: Siemens to check the version and parameters included int he draft.

JW: Fixed (change back if Siemens find that this incorrect)



		1148

		2004.12.01

		CP 2.1

		The [draft-norefersub] should be referenced (will be used in 6.1.7).


draft-ietf-sip-refer-with-norefersub-00.txt


(OMA-POC-2004-1106)

		[2004.12.13]


AI: Siemens to write contribution



		1497

		2004.12.06

		CP 2.1

		Technical:


According to guidelines we need to give expected stability dates to referenced internet drafts.


(OMA-POC-2004-1118)

		[2004.12.13]


AI: 





		2200

		2004.12.06

		CP 2.1

		Editorial:


Row IOPPROC:


“URL:http://www.openmobilealliance.org/”


Move URL to a separate line. Evidently a more accurate URL is needed.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: To be done



		2201

		2004.12.06

		CP 2.1

		Editorial:


“IETF: RFC 2046 (November 1996)”


Move colon after right parenthesis.


“URL http://www.ietf.org/rfc/rfc2046.txt”


Add colon after ‘URL’.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2202

		2004.12.06

		CP 2.1

		Editorial:


Row RFC 2119:


“"Key words for use in RFCs to Indicate Requirement Levels"”


Add in the beginning: “IETF RFC 2119 (March 1997): ”


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2203

		2004.12.06

		CP 2.1

		Editorial:


Row RFC 2234:


"Augmented BNF for Syntax Specifications: ABNF". D. Crocker, Ed., P. Overell. November 1997, URL:http://www.ietf.org/rfc/rfc2234.txt


Replace it with the following (note the URL is located on a separate line):


IETF RFC 2234 (November 1997):  "Augmented BNF for Syntax Specifications: ABNF",


URL:http://www.ietf.org/rfc/rfc2234.txt


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2204

		2004.12.06

		CP 2.1

		Editorial:


“URL: http://www.ietf.org/rfc/rfc2327.txt”


Remove space before ‘http’.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2205

		2004.12.06

		CP 2.1

		Editorial:


“IETF RFC 33 11”


Remove space.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2206

		2004.12.06

		CP 2.1

		Editorial:


IETF RFC 3312 (October 2002) “


Add colon after right parenthesis.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2207

		2004.12.06

		CP 2.1

		Editorial:


“URL: http://www.ietf.org/rfc/rfc3320.txt”


Remove space before ‘http’.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2208

		2004.12.06

		CP 2.1

		Editorial:


“URL: http://www.ietf.org/rfc/rfc3321.txt”


Remove space before ‘http’.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2209

		2004.12.06

		CP 2.1

		Technical:


RFC3323 (Privacy mechanism for SIP) is missing. Shall be added.


(OMA-POC-2004-1141)

		[2004.12.13]


Editorial.

Editor can work on this

JW: Need to complete reference



		2210

		2004.12.06

		CP 2.1

		Editorial:


Replace


IETF RFC 3325 "


with


IETF RFC 3325 (November 2002): "


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2211

		2004.12.06

		CP 2.1

		Editorial:


“IETF RFC 3485(February 2003):”


Add space.


“URL: http://www.ietf.org/rfc/rfc3485.txt”


Remove space before ‘http’.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2212

		2004.12.06

		CP 2.1

		Editorial:


“IETF RFC3486(February 2003):”


Add spaces around the RFC number.


“URL: http://www.ietf.org/rfc/rfc3486.txt”


Remove space before ‘http’.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2213

		2004.12.06

		CP 2.1

		Technical:


RFC3550 is missing. Generally referred in step c) when building SDP offer. Shall be added.


(OMA-POC-2004-1141)

		[2004.12.13]


Editorial.


Editor can work on this

JW: Need to complete reference



		2214

		2004.12.06

		CP 2.1

		Editorial:


“IETF RFC 3841(August 2004):  "Caller”


Add space after the RFC number and remove space after colon.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2215

		2004.12.06

		CP 2.1

		Editorial:


“IETF RFC 3892 (September 2004):"The Session”


Add space after colon.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2216

		2004.12.06

		CP 2.1

		Editorial:


“IETF RFC 3903 (October 2004):"Session Initiation Protocol (SIP) Extension  for Event”


Add space after colon; and remove space before ‘for’.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2217

		2004.12.06

		CP 2.1

		Editorial:


“http://www.ietf.org/internet-drafts/draft-ietf-sipping-uri-list-conferencing-01.txt”


Add ‘URL:’ in the beginning.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2218

		2004.12.06

		CP 2.1

		Editorial:


“draft-ietf-sip-session-timer-15(July 2004):”


Add space before left parenthesis.


“http://www.ietf.org/internet-drafts/draft-ietf-sip-session-timer-15.txt”


Add ‘URL:’ in the beginning.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2219

		2004.12.06

		CP 2.1

		Editorial:


“http://www.ietf.org/internet-drafts/draft-ietf-sipping-multiple-refer-01.txt”


Add ‘URL:’ in the beginning.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2220

		2004.12.06

		CP 2.1

		Editorial/Technical:


“http://www.ietf.org/internet-drafts/draft-garcia-sipping-poc-isb-am-00.txt”


Add ‘URL:’ in the beginning. 


Add the following editor’s note after:


“Editor's note: The above document cannot be formally referenced until it is published as an RFC.”


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2221

		2004.12.06

		CP 2.1

		Editorial:


“draft-allen-sipping-poc-p-headers-00 (November 2004): "Private Header (P-Header)Extensions”


Add space before ‘Extensions’.


“http://www.ietf.org/internet-drafts/draft-allen-sipping-poc-p-headers-00.txt”


Add ‘URL:’ in the beginning.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2222

		2004.12.06

		CP 2.1

		Editorial:


“draft-ietf-sipping-uri-list-message-01 (October 2004) “Multiple-Recipient”


Add colon after right parenthesis.


“http://www.ietf.org/internet-drafts/draft-ietf-sipping-uri-list-message-01.txt”


Add ‘URL:’ in the beginning.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2223

		2004.12.06

		CP 2.1

		Editorial:


“http://www.3gpp2.com/Public_html/specs/X.S0013-004-0_v1.0_022604.pdf”


Add ‘URL:’ in the beginning.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2224

		2004.12.06

		CP 2.1

		Editorial:


“http://www.3gpp.org/ftp/Specs/latest/Rel-6/24_series/”


Add ‘URL:’ in the beginning. Evidently more accurate URL is needed.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Need to add more accurate reference



		2279

		2004.12.06

		CP 2.1

		Technical:


Add the following as a new step after the “first” step 4:


“MAY in case only one PoC User is invited include “norefersub” option tag in a Require header according to rules and procedures of draft-olson-sipping-refer-extensions-01;”


Add the mentioned Internet-Draft to the sub-clause 2.1 Normative References.


(OMA-POC-2004-1141)

		[2004.12.13]


Check Siemens contribution



		2286

		2004.12.06

		CP 2.1

		Technical:


Add the following as a new step after the step 4:


“MAY include “norefersub” option tag in a Require header according to rules and procedures of draft-olson-sipping-refer-extensions-01;”


Add the mentioned Internet-Draft to the sub-clause 2.1 Normative References.


(OMA-POC-2004-1141)

		[2004.12.13]


Check Siemens contribution



		2414

		2004.12.07

		CP 2.1

		Technical:


Add the following as a new step after the step 4:


Add:


“MAY include “norefersub” option tag in a Require header according to rules and procedures of draft-olson-sipping-refer-extensions-01;”


Add the mentioned Internet-Draft to the sub-clause 2.1 Normative References.


(OMA-POC-2004-1142)

		[2004.12.13]


Check Siemens contribution



		2440

		2004.12.07

		CP 2.1

		Technical:


Fallback solution is need when the Exploder URI is not provisioned.


Exploder Internet-Draft seems to be missing in Normative References.


Reference to the Internet-Draft shall be added in step 4.


(OMA-POC-2004-1142)

		[2004.12.13]


AI: Nokia to check whether it is correct



		909

		2004.12.01

		CP 2.1

		Editorial: 


OMA-PoC-UP reference seems not to be complete


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor TBD



		2225

		2004.12.06

		CP 2.2

		Editorial:


“3GPP TS 23.218 "IP Multimedia (IM) session handling;IM call model;Stage 2", (Release 5)”


Add space after semicolons (two places).


“http://www.3gpp.org/ftp/Specs/latest/Rel-5/23_series/”


Evidently more accurate URL is needed.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Need to add more accurate reference



		2226

		2004.12.06

		CP 2.2

		Editorial:


Row 29.228:


“http://www.3gpp.org/ftp/Specs/latest/Rel-6/29_series/”


Move URL to separate line. Add “URL:” in the beginning. Evidently more accurate URL is needed.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Need to add more accurate reference



		910

		2004.12.01

		CP 2.2

		Editorial: 


The OMA references seems not to be complete


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor TBD



		1464

		2004.12.06

		CP 3.2

		Editorial:


Font size for many entries differs, some are 10pt, and some are 9 pt.  Recommend making them all the same font size.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		176 (176)

		2004.11.29

		CP 3.2

		Editorial:


Definitions not used in the CP specification are included in the definitions table. Need to remove unused definitions.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor TBD later when CP all other changes have been completed



		1974

		2004.12.06

		CP 3.2

		Technical:


Change the definition of Media Parameters:


“The information transmitted between the PoC Server and the PoC client in order to alter the settings of the PoC client.  Media parameters are transmitted by SIP/SDP messages.”


To


“The information transmitted between the PoC Server and the PoC Client in order to alter the settings of the PoC Client.  Media Parameters are transmitted by SIP/SDP messages.  Media Parameters cover e.g. the codec frame amount packed in one RTP message.”


(OMA-POC-2004-1132)

		[2004.12.13]

Normally we shall make clear definition commonly to all specs. Some expressed the concern to this comment.

AI: Nokia to check whether this already commented against AD.



		2227

		2004.12.06

		CP 3.2

		Editorial:


Sometimes the definition has a dot in the end, sometimes not.


Should be aligned.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2228

		2004.12.06

		CP 3.2

		Technical:


1-1 PoC Session


Make the following changes:


“A feature to establish a PoC Session with another PoC User”


To:


“A feature enabling a PoC User to establish a PoC Session with another PoC User”


(OMA-POC-2004-1141)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed



		2229

		2004.12.06

		CP 3.2

		Technical:


Chat PoC Group


“A persistent Group for which each Group member individually joins the PoC Session”


To:


Make the following changes:


“A persistent Group to which a PoC User individually joins to have a PoC Session with other joined PoC Users”


(OMA-POC-2004-1141)

		[2004.12.13]


Modify "... with other PoC Users who have also joined". Agreed.

AI: Editor to include this change

JW: Fixed



		2230

		2004.12.06

		CP 3.2

		Technical:


Control Plane


Make the following changes:


“Signaling and control between the PoC Client and PoC Server for push to talk over cellular (PoC) service.”


To:


“Signaling and control between the PoC Client and PoC Server as well as between the PoC Servers for push to talk over cellular (PoC) service.”


(OMA-POC-2004-1141)

		[2004.12.13]


Agreed.


AI: Editor to include this change

JW: Fixed



		2231

		2004.12.06

		CP 3.2

		Technical:


PoC Group Identifier


is missing in 3.2. It is used only in step 5 of D.8.1 while in step 1 “PoC Group Identity” is used. 


Proposal: Use “PoC Group Identity” also in step 5 of D.8.1.


(OMA-POC-2004-1141)

		[2004.12.13]

Agreed

AI: Editor to include this change

JW: Fixed



		2233

		2004.12.06

		CP 3.2

		Editorial:


PoC Session


“A Session established by 1-1 PoC, Ad-hoc PoC Group,Pre-arranged”


Add space after the second comma.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed





		2234

		2004.12.06

		CP 3.2

		Technical:


PoC Session Identifier


is used only in steps 5 and 7 of D.7.1 while “PoC Session Identity” is used in step 1. 


Proposal: It would be more readable to use “PoC Session Identity” in steps 5 and 7 of D.7.1 and remove “PoC Session Identifier” from 3.2.


(OMA-POC-2004-1141)

		[2004.12.13]


Agreed


AI: Editor to include this change

JW: Fixed



		2236

		2004.12.06

		CP 3.2

		Technical:


Make the following changes:


“The session the PoC user prefer to listen and speech to.  ”


To:


“The session the PoC User prefers to listen and speech to.  ”


(OMA-POC-2004-1141)

		[2004.12.13]


Agreed


AI: Editor to include this change

JW: Fixed



		2237

		2004.12.06

		CP 3.2

		Technical:


Unconfirmed Indication


Proposal: Make the following changes:


“The indication of readiness to receive media before PoC Server has received confirmation from downstream elements of readiness to receive media”


To:


“The Unconfirmed Indication is returned by the PoC Server to confirm that it is ready to receive media before it has received confirmation from downstream elements of readiness to receive media”


(OMA-POC-2004-1141)

		[2004.12.13]

Basic idea agreed?

AI: Nokia to write contribution



		2238

		2004.12.06

		CP 3.2

		Editorial:


“Unrestricted group”


Use capital G.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2239

		2004.12.06

		CP 3.2

		Technical:


User Plane


Make the following changes:


“Media and media control signaling between the PoC Client and PoC Server for push to talk over cellular (PoC) service.”


To:


“Media and media control signaling between the PoC Client and PoC Server as well as between PoC Servers for push to talk over cellular (PoC) service.”


(OMA-POC-2004-1141)

		[2004.12.13]


Agreed


AI: Editor to include this change

JW: Fixed



		2240

		2004.12.06

		CP 3.2

		Technical:


Definition for “Restricted Group” is missing.


Proposal for definition:


“A Group that can be joined only by a User that is a member of the Group.”


Use initial capital letters in 7.2.1.14.


(OMA-POC-2004-1141)

		[2004.12.13]


More clarification requested.


AI: Nokia to write contribution.



		234 (232)

		2004.11.30

		CP 3.2

		Access List, User Accept List, User reject List are not longer used in this document and should be deleted here


(OMA-POC-2004-1091)

		[2004.12.01]


Valid comment.


Use of term "access rule" accepted.


AI: contribution assigned to Siemens



		258 (256)

		2004.11.30

		CP 3.2

		Editorial:


Align the fonts in the subclause 3.2 Definitions.


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		911

		2004.12.01

		CP 3.2

		Editorial: 


Check terminology: participant -> Participant, Participating PoC function -> Participating PoC Function, RTP media --> RTP Media, etc


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		912

		2004.12.01

		CP 3.2

		Editorial: 


The subclause contains some undefined words that are not defined using upper case style. Switch to lower case or define.


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		916

		2004.12.01

		CP 3.2 Group

		Editorial: 


The Group is used for easy PoC Session establishment. Should be efficient


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		917

		2004.12.01

		CP 3.2 Media Parameters

		Technical:


Change to: An item of information that describe and mandate the transport and encoding of the media intended to be used in the session. The information is transmitted between the PoC Servers and the PoC Clients using SIP/SDP messages.


(OMA-POC-2004-1104)

		[2004.12.13]


Refer the similar comment and proposal already included in AD



		918

		2004.12.01

		CP 3.2 On-demand Session

		Technical:


A PoC session set-up mechanism, where all media parameters are negotiated at the same time the PoC session is set-up. Should be PoC Session and Media Parameters


(OMA-POC-2004-1104)

		[2004.12.13]


Editorial


AI: Editor to include this change

JW: Fixed



		919

		2004.12.01

		CP 3.2 Primary PoC Session

		Editorial:


The session the PoC user prefers to listen and speech to.  In case of Simultaneous PoC Sessions the Primary PoC Session has a priority over the Secondary PoC Sessions. Should be PoC User


(OMA-POC-2004-1104)

		[2004.12.13]


Editorial


AI: Editor to include this change

JW: Fixed



		913

		2004.12.01

		CP 3.2 RTCP session

		Editorial: There are no RTCP session. Remove!


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		920

		2004.12.01

		CP 3.2 RTCP Session

		Technical:


A RTCP Session is considered as an exchange of RTCP control information between two PoC functional entities. Remove all together since RTCP is always part of the RTP session


(OMA-POC-2004-1104)

		[2004.12.13]


Editorial. Also agreed for AD


AI: Editor to include this change

JW: Fixed



		914

		2004.12.01

		CP 3.2 RTP Session

		Technical:


A RTP Session is considered as an exchange of RTP media streams between two PoC functional entities. Change to: A RTP Session is considered as an association that allows exchange of RTP media streams and RTCP messages among a set of PoC functional entities


(OMA-POC-2004-1104)

		[2004.12.13]


Editorial. Also agreed for AD


AI: Editor to include this change

JW: Fixed



		921

		2004.12.01

		CP 3.2 SigComp

		Technical:


Text based signaling compression mechanism specified in [RFC3320]. Change to: A mechanism that provides compression of text based application protocols such as SIP


(OMA-POC-2004-1104)

		[2004.12.13]


Editorial. Also agreed for AD


AI: Editor to include this change

JW: Fixed



		915

		2004.12.01

		CP 3.2 User plane

		Editorial: 


push to talk over cellular -> Push to Talk over Cellular


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2335

		2004.12.07

		CP 3.2

		Authenticated Originator's PoC Address


Change:


The PoC Address of the originating PoC Client that has been authenticated by the SIP/IP core


To:


Authenticated Originator's PoC Address is the PoC Address of the originating PoC Client that has been authenticated by the SIP/IP core. 


(Add the term being defined - this is the format of the majority of definitions)


(OMA-POC-2004-1139)

		[2004.12.13]

Comment addressed to 3.2 (old 3.3 corrected)

"The authenticated ..."


AI: Editor to include this change

JW: Fixed



		1498

		2004.12.06

		CP 3.3

		Editorial:


XDM abbreviation is missing


Need to add  "XDM XML Document Management"


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2242

		2004.12.06

		CP 3.3

		Editorial:


“Session Description protocol”


Use capital initial letters.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2327

		2004.12.07

		CP 3.3

		Editorial


1-1 PoC Session


Change:


A feature to establish a PoC Session with another PoC User


To:


A feature to establish a 1-1 PoC Session is a PoC session with another exactly one other PoC User.


(put the term at the front of the definition for consistent format; a "1-1 PoC session" cannot be a "feature";  e.g., "PoC client initiates a 1-1 PoC session” would mean the PoC client initiates a "feature")


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2328

		2004.12.07

		CP 3.3 

		Editorial


1-many-1 Session


Change:


Editorial


1-many-1 Session


A PoC Group Session for a Pre-arranged PoC Group in which one participant is a Distinguished Participant and each other participant is an Ordinary Participant.


To:


A PoC Group Session for a Pre-arranged PoC Group in which one participant is a Distinguished Participant and all other participants are Ordinary Participants.


(substitute "all" for "each other", etc)


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2329

		2004.12.07

		CP 3.3

		Editorial


Access Control


Change:


Each PoC User can define rules that describe who is allowed to contact him using the PoC Service. The PoC Server implements the access control policy according to these defined rules


To:


User specified rules that restrict the set of other users that may establish PoC sessions to the user.     


(Grammar edit from the second to the third person)


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2330

		2004.12.07

		CP 3.3

		Editorial


Access List


Change:


Access lists are used for controlling whether the PoC Server is allowed or not to send PoC Session requests to the PoC User when requested by other PoC User


To:


An Access List is a user specified list that restricts the set of users the network permits to initiate a PoC communication to the user.


(Simple word edit to avoid details about PoC server behaviour in a definition section) 


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed





		2331

		2004.12.07

		CP 3.3

		Editorial


Active PoC Session


Change:


One of the Simultaneous Sessions established for a particular PoC User that has both TBCP Messages and RTP media packets relayed by the PoC Server performing the Participating PoC function between the PoC Client and the PoC Server performing the Controlling PoC function.


To:


An Active PoC Session is a PoC session that carries both RTP and Talk Burst Control Protocol based packets to the user.  If the user has multiple PoC sessions, at most only one may be active at any given time.   


(Put the term at the front of the definition; simplify the wording byt avoiding details about PoC servers)


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2332

		2004.12.07

		CP 3.3

		Editorial


Change:


Ad-hoc PoC Group


A feature enabling a PoC User to establish a PoC Session with multiple PoC Users without first creating  a PoC Group


To:


Ad-hoc PoC Group Session


An Ad-hoc PoC Group Session is a PoC Session for multiple PoC users that does not involve the use or definition of a prearranged or chat group. 


(the term "ad-hoc PoC group" never appears in the CP unless followed by the word "session"; the term"ad-hoc PoC group session" is everywhere in the CP, but not in this list)


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2333

		2004.12.07

		CP 3.3

		Editorial


Answer Mode


Change:


A service attribute that indicates the current Answer Mode setting of the PoC Client.


To:


The Answer Mode Indication is the current Answer Mode PoC service setting of the PoC Client.


(Service attribute is never used outside these definitions;instead the  CP text uses the term "PoC service setting", so should be used here).  


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2334

		2004.12.07

		CP 3.3

		Editorial


Application Server


Change:


In the 3GPP IMS an Application Server is a functional entity that implements service logic for IMS sessions. When the SIP/IP core used for PoC is 3GPP IMS the PoC Server implements Application Server functionality.


To:


An Application Server in 3GPP IMS or 3GPP2 MMD is a functional entity that implements the service logic for SIP sessions. When the SIP/IP core used for the PoC service is according to 3GPP IMS or 3GPP2 MMD specifications, the PoC Server implements the Application Server functionality.


(mention 3GPP2).


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor  


JW: Fixed



		2336

		2004.12.07

		CP 3.3

		Editorial


Automatic Answer Mode


Change:


A mode of operation where the PoC Client accepts the PoC Session invitations immediately and plays out the media as soon as it is received without requiring the intervention of the 


To:


Automatic Answer Mode is a PoC Client mode of operation in which the PoC Client accepts a PoC Session establishment request without manual intervention from the user; media is immediately played when received. .  


(primarily a simple edit to add the term being defined to the front of the definition


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2337

		2004.12.07

		CP 3.3

		Editorial


Chat PoC Group


Change:


A persistent Group for which each Group member individually joins the PoC Session


To:


Chat PoC Group is a persistent Group  in which each member individually joins the PoC Session, i.e., the establishment of a PoC session to a Chat PoC group does not result in other members of the Chat PoC Group being invited. 


(add the term being defined to the definition, and clarify "individually joins" as meaning that other group members are not invited)


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2338

		2004.12.07

		CP 3.3

		Editorial


Chat PoC Group Session


Change:


A PoC Session established for a Chat PoC Group


To:


A Chat PoC Group Session is a PoC Session established to a Chat PoC Group. 


(add the term being defined to the definition to the front of the definition; also add a period)


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2339

		2004.12.07

		CP 3.3

		Editorial


Conference-factory-URI


Change:


Provisioned SIP URI for the PoC service in the Home PoC Network.


To:


A Conference Factory URI for PoC service is a provisioned SIP URI that identifies the PoC service in the Home PoC Network.


(Include the term at the front of the sentence, as well as a small clarification)


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor 


JW: Fixed



		2340

		2004.12.07

		CP 3.3

		Editorial


Confirmed Indication


Change:


The Confirmed Indication is returned by the PoC Server to confirm that it and all  downstream elements are ready to receive media


To:


A Confirmed Indication is a signalling message returned by the PoC Server to confirm that the PoC server, a terminating PoC client,all other networkelements intermediary to the PoC server and a terminating PoC client are able and willing to receive media.


(The current definition explains "confirmed" but doesn't really say what an "indication" is; also "downstream" can be read different ways, so other wording should be used). 


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2341

		2004.12.07

		CP 3.3

		Editorial


Contact List


Change:


A list available to the PoC User containing the addresses of other PoC Users or PoC Groups


To:


A Contact List is a list available to the PoC User that contains the addresses of PoC Users or PoC Groups.


(add the term to the front of the definition and a period)


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2342

		2004.12.07

		CP 3.3

		Editorial 


Control Plane


Change:


Signaling and control between the PoC Client and PoC Server for push to talk over cellular (PoC) service.


To:


The Control Plan is the specification of the signaling  between the PoC Client and PoC Server, and between PoC servers for the Push to talk over Cellular (PoC) service. 


(add the term to the front of the definition, and mention the signalin between the PoC Servers)


(add the term to the front of the definition, and mention the signalin between the PoC Servers)


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed





		2343

		2004.12.07

		CP 3.3

		Editorial 


Controlling PoC Function


Change:


The Controlling PoC Function provides centralized PoC Session handling, RTP Media distribution, Talk Burst Control including Talker Identification, policy enforcement for participation in Group Sessions and the Participant information.


To:


The Controlling PoC Function is implemented in a PoC server and provides centralized PoC Session handling, which includes RTP Media distribution, Talk Burst Control, policy enforcement for participation in Group Sessions, and the participant information.


(small clarification and grammar edit)


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2344

		2004.12.07

		CP 3.3

		Editorial 


Conversation


Change:


A set of Talk Bursts within one PoC Session, which are followed by each other within a given time and typically are associated to each other.  


To:


A Conversation is a series of talk bursts within a PoC Session in which the inter arrival spacing of the talk bursts is less than a defined time interval; typically, the talk bursts are associated to a logical exchange between two or more users. .   


(simple edit to add the term to the front of the definition, and use some more precise words for "followed by each other")


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2345

		2004.12.07

		CP 3.3

		Editorial 


Distinguished Participant


Change:


The Participant in a One-many-one Session who is heard by all Ordinary Participants, and who can hear each individual Ordinary Participant.


To:


The Distinguished Participant is a participant in a 1-many-1 Session that sends media to all Ordinary Participants, and that receives media  any Ordinary Participant.


(add the terming being defined to the front of the sentence, use the correct relative pronoun, generalize "is heard" to "receives media".)


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2346

		2004.12.07

		CP 3.3

		Editorial 


Dormant PoC Session


Change:


One of the Simultaneous Sessions established for a particular PoC User, which may have TBCP messages, but not RTP media packets, relayed by the PoC Server performing the Participating PoC function between the PoC Client and the PoC Server performing the Controlling PoC function.


To:


A Dormant PoC Session is a PoC session in which the user receives TBCP and no media.  If the user has multiple PoC sessions, all except at most one PoC session are dormant. 


(add the term being defined to the front of the definition and a shorter wording that does not get into architectural details about PoC server functions) 


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2347

		2004.12.07

		CP 3.3

		Editorial 


Exploder URI


Change:


Address of a SIP URI-list service, which is a specialized application service, that receives a SIP MESSAGE request and sends a similar MESSAGE request to each of the URIs in the list included in the request. Each of these MESSAGE requests contains a copy of the body included in the original MESSAGE request.


To:


An Exploder URI is an address of a SIP URI-list service. A URI-list service is a specialized application service that receives a SIP request with a list of URIs and generates a similar SIP request to each of the URIs on the list.  . The SIP URI-list service includes  a copy of the body of the original SIP request in the generated  SIP requests.


(put the term at the front of the definition, generalize "MESSAGE"; use "generate" instead of "sends"). 


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2348

		2004.12.07

		CP 3.3

		Editorial 


Filter Criteria


Change:


Filter Criteria is routing logic used in the 3GPP IMS to trigger the routing of SIP requests to Application Servers


To:


Filter Criteria is routing logic used in the 3GPP IMS or 3GPP2 MMD SIP core to  route SIP requests to the correct Application Server.


(mention 3GPP2 and simple edit)


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2349

		2004.12.07

		CP 3.3

		Editorial 


Group


Change:


Group is a predefined set of Users together with its attributes. The Group is used for easy PoC Session establishment and/or for defining PoC Session access policy. Each Group is identified by its SIP URI


To:


A Group is a predefined set of PoC users that is identified by a SIP URI.   A PoC client uses  the Group to establish PoC Sessions  and to define PoC Session access policy.  


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2350

		2004.12.07

		CP 3.3

		Editorial 


Group Advertisement


Change:


A feature providing the capability to inform other PoC Users of the existence of a PoC Group


To:


A Group Advertisement is a feature that provides the capability to inform other PoC Users of the existence of a PoC Group. 


(put the term at the front of the definition and add a period)


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2351

		2004.12.07

		CP 3.3

		Editorial 


Home PoC Network


Change:


The network comprising of the SIP/IP core and the PoC Server serving the PoC Client of the Served PoC User


To:


The Home PoC Network is a network comprising a SIP/IP core and PoC Server, both operated by the user's PoC service provider.  The home PoC network is the same as the home network defined in IMS and MMD specifications.


(clarify that the home network belongs to the service provider that provides the PoC service to the user; it is the same as a home network in the IMS/MMD sense)


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2352

		2004.12.07

		CP 3.3

		Editorial 


Home PoC Server


Change:


The PoC Server in the Home PoC Network


To:


The Home PoC Server is the PoC server owned  by service provider that provides PoC service to the user.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2353

		2004.12.07

		CP 3.3

		Editorial 


Incoming Instant Personal Alert Barring


Change:


A service attribute, which enables the PoC User to block all incoming Instant Personal Alerts.


To:


Incoming Instant Personal Alert Barring is a PoC service setting for the PoC client  that conveys the PoC User's desire for the PoC service to block all incoming Instant Personal Alerts.


(Use "PoC service setting" instead of "service attribute" so as to match the rest of the CP)


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2354

		2004.12.07

		CP 3.3

		Editorial 


Incoming PoC Session Barring


Change:


A service attribute, which enables the PoC User to block all incoming PoC Session invitations.


To:


Incoming PoC Session Barring is a PoC service setting for the PoC client that conveys  the PoC User's desire for the PoC service to block all incoming PoC Session requests.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2355

		2004.12.07

		CP 3.3

		Editorial 


Instant Personal Alert


Change:


A feature providing a PoC User with the capability to send a callback request to another PoC User


To:


Instant Personal Alert is a feature in which a PoC user sends a SIP based instant message to a PoC user requesting a 1-1 PoC session. 


(add the term being defined to the front of the definition; avoid the use of "callback")


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2356

		2004.12.07

		CP 3.3

		Editorial 


Invited PoC Client


An Invited PoC Client is a PoC client that is invited to a PoC session.


(Add the term to the front of the definition and use the correct relative pronoun. )


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2357

		2004.12.07

		CP 3.3

		Editorial 


Inviting PoC User


Change:


The PoC client who has been invited to a PoC session


To:


An Invited PoC Users is a  PoC User that is invited to a PoC Session


(Add the term to the front of the definition and use the correct relative pronoun.) 


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2358

		2004.12.07

		CP 3.3

		Editorial 


Manual Answer Mode


Change:


A mode of operation where the PoC Client requires the PoC User to manually accept the session invitation before media is accepted and played.  


To:


Manual Answer Mode is a mode of operation in which the PoC Client requires the PoC User to manually accept the session invitation before the PoC session is established..  


(Add the term to the front of the definition and add a clarification. )


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor 


JW: Fixed



		2359

		2004.12.07

		CP 3.3

		Editorial 


Media Parameters


Change:


The information transmitted between the PoC Server and the PoC client in order to alter the settings of the PoC client.  Media parameters are transmitted by SIP/SDP messages


To:


Media parameters are SIP/SDP based information exchanged between the PoC Server and the PoC client that specify the characteristics of the media for a PoC session being established or that already exists. 


(Add the term to the front of the definition.  There many kinds of PoC client "settings", and settings is already used for something different in the CP, anyway.  Therefore, the definition should be more specific than just "settings". )


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2360

		2004.12.07

		CP 3.3

		Editorial 


On-demand Session


Change:


A PoC session set-up mechanism, where all media parameters are negotiated at the same time the PoC session is set-up.


To:


An On-Demand Session is a PoC session set-up mechanism in which all media parameters are negotiated at  PoC session establishment.


(Add the term to the front of the definition and add a clarification.  )


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2361

		2004.12.07

		CP 3.3

		Editorial 


Ordinary Participant


Change:


A Participant in a 1-many-1 Session who is only heard by the Distinguished Participant, and who can only hear the Distinguished Participant.


To:


An Ordinary Participant is a Participant in a 1-many-1 Session that is only able to send media to the Distinguished Participant, and that likewise is  only able to receive media from the Distinguished Participant.


( Add the term to the front of the definition )


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2362

		2004.12.07

		CP 3.3

		Participant


Change:


A PoC User in a PoC Session


To:


A Participant is any PoC User in a PoC Session.


( Add the term to the front of the definition )


(OMA-POC-2004-1139)

		[2004.12.13]


Comment addressed to 3.2 (old 3.3 corrected)


Remove "any"


AI: Editor to include this change

JW: Fixed



		2363

		2004.12.07

		CP 3.3

		Editorial 


Participating PoC Function


Change:


The Participating PoC Function provides PoC Session handling and policy enforcement for incoming PoC Sessions and may provide the media relay function between PoC Client and the PoC Server performing the Controlling PoC Function, and the Talk Burst Control message relay function between the PoC Client and the PoC Server performing the Controlling PoC Function.


To:


The Participating PoC Function is implemented in a PoC server, and provides PoC Session handling,  which includes policy enforcement for incoming PoC Sessions and Talk Burst Control message relay between the PoC Client and the PoC Server performing the Controlling PoC Function.   The Participating PoC Function  may also provide the media relay function between PoC Client and the PoC Server performing the Controlling PoC Function.


(the edit primarily separates "provides" from "may provide" clauses).


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2364

		2004.12.07

		CP 3.3

		Editorial 


Change:


PDP Context


Packet Data Protocol Context is a logical connection between a terminal and network for 3GPP General Packet Radio Service.  PDP Context, as logical connections, is mapped onto the physical layer radio connections.  A PDP Context may be closely tied to a single application level flow, e.g., a voice service instance, or may support multiple application level flows, e.g., a best effort packet data service instance.


To:


Packet Data Protocol Context


A Packet Data Protocol (PDP) Context is a logical connection between a terminal and network, as defined in 3GPP General Packet Radio Service (GPRS) specifications.  A PDP Context, as a logical connection, is mapped onto a physical layer radio connection.  A PDP Context may be closely associated with a single application level flow, e.g., a voice service instance, or it may support multiple application level flows, e.g., a best effort packet data service instance.


(expand PDP and GPRS to make for easier reading)


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2365

		2004.12.07

		CP 3.3

		Editorial 


PoC Address


Change:


Identifies a PoC User. The PoC Address can be used by one PoC User to request communication with other PoC Users. 


To:


A PoC Address identifies a PoC User. The PoC Address can be used by one PoC User to request communication with other PoC Users. 


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2366

		2004.12.07

		CP 3.3

		Editorial 


PoC Client


Change:


A PoC functional entity on the PoC User Equipment that supports the PoC Service


To:


A PoC Client is a PoC functional entity that resides on the PoC User Equipment that supports the PoC Service.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2367

		2004.12.07

		CP 3.3

		Editorial 


PoC Group


Change:


A PoC Group is a predefined set of PoC Users together with its attributes.


To:


A PoC Group is a predefined set of PoC Users together with its attributes.  A PoC Group is identified by a SIP URI.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2368

		2004.12.07

		CP 3.3

		Editorial 


PoC Group Identity


Change:


SIP URI of the Pre-arranged PoC Group or Chat PoC Group.


To:


The PoC Group Identity is a SIP URI of the Pre-arranged PoC Group or Chat PoC Group.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2369

		2004.12.07

		CP 3.3

		Editorial 


PoC Group Session


Change:


A Pre-arranged PoC Group, Ad-hoc PoC Group or Chat PoC Group Session


To:


A PoC Group Session is a Pre-arranged PoC Group, Ad-hoc PoC Group or Chat PoC Group Session.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2370

		2004.12.07

		CP 3.3

		Editorial 


PoC Server


Change:


The PoC Server implements the application level network functionality for the PoC service. The PoC Server may perform the role of the Controlling PoC Function and Participating PoC Function.


To:


The PoC Server implements the 3GPP IMS and 3GPP2 MMD application level network functionality for the PoC service. A PoC Server may perform the role of the Controlling PoC Function and Participating PoC Function, or both at the same time.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2371

		2004.12.07

		CP 3.3

		Editorial 


PoC Session


Change:


A Session established by 1-1 PoC, Ad-hoc PoC Group,Pre-arranged PoC Group or Chat PoC Group Session


To:


A PoC Session is a SIP ession established by the procedures of this Specification.  This Specification supports the following types of PoC Sessions:  1-1 PoC, Ad-hoc PoC Group, Pre-arranged PoC Group, or Chat PoC Group Session


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2372

		2004.12.07

		CP 3.3

		Editorial 


PoC Session Identifier


Change:


An identifier associated with a PoC Session, the value of which uniquely distinguishes the associated PoC Session from all other instances of a PoC Session, both concurrent and non-concurrent.


To:


The PoC Session Identifier is an identifier associated with a PoC Session that uniquely distinguishes a particular PoC Session from all other PoC Sessions, including those that currently exist and those that do not.  


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2373

		2004.12.07

		CP 3.3

		Editorial 


PoC Subscriber


Change:


A subscriber whose service subscription includes the PoC Service.


To:


A PoC subscriber is one whose service subscription includes the PoC Service.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2374

		2004.12.07

		CP 3.3

		Editorial 


PoC User


Change:


A User using the PoC service.


To:


A PoC User is a user of the PoC service.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2375

		2004.12.07

		CP 3.3

		Editorial 


Pre-arranged PoC Group


Change:


A persistent Group created for PoC Group Session. 


To:


A Pre-arranged PoC Group is a persistent PoC Session Identity that has an associated set of PoC members.  The establishment of a PoC session to a prearranged PoC group results in all members being invited. 


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2376

		2004.12.07

		CP 3.3

		Editorial 


Pre-established Session


Change:


A signalling exchange to negotiate Media Parameters between the PoC Client and the Home PoC Server before establishing a PoC Session.


To:


The Pre-established Session is a SIP session established between the PoC Client and the PoC server that performs the participating function.  The PoC client establishes the pre-established session prior to making requests for PoC sessions to other PoC users.  To establish a PoC session based on a SIP request from the user, the PoC server conferences other PoC servers/users to the pre-established session so as to create an end-to-end connection.  


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2377

		2004.12.07

		CP 3.3

		Editorial 


Primary PoC Session


Change:


The session the PoC user prefer to listen and speech to.  In case of Simulatenous PoC Sessions the Primary PoC Session has a priority over the Secondary PoC Sessions.


To:


The Primary PoC Session is a PoC session that the PoC user selects in preference to other PoC sessions.   When the user has simulatenous PoC Sessions, the Primary PoC Session has a priority over Secondary PoC Sessions.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2378

		2004.12.07

		CP 3.3

		Editorial 


Remote PoC Network


Change:


Network comprising of the SIP/IP core and the PoC Server, that hosts the remote PoC Client and/or remote Pre-arranged or Chat PoC Group.


To:


A Remote PoC network is a network that consists of a SIP/IP core and a PoC server that hosts a pre-arranged or chat PoC group.  The Remote PoC Network is owned or operated by a service provider other than the one to which the PoC client subscribes.  


(the original definition uses "remote" to define "remote network"; however, "remote" itself is never defined; this edit attempts to capture the meaning of "remote"). 


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2379

		2004.12.07

		CP 3.3

		Editorial 


RTCP Session


Change:


A RTCP Session is considered as an exchange of RTCP control information between two PoC functional entities


To:


A RTCP Session is an exchange of RTCP control information between two PoC functional entities within the same session and for the same media.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: It was previously agreed to delete the term RTCP Session



		2380

		2004.12.07

		CP 3.3

		Editorial 


RTP Media


Change:


Media carried as an RTP payload


To:


RTP Media is the media carried in an RTP payload


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor

JW: Fixed



		2381

		2004.12.07

		CP 3.3

		Editorial 


RTP Session


Change:


A RTP Session is considered as an exchange of RTP media streams between two PoC functional entities


To:


A RTP Session is an exchange of RTP media streams between two PoC functional entities within the same session and for the same media.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Previously agreed change is more comprehensive



		2382

		2004.12.07

		CP 3.3

		Editorial 


Secondary PoC Session


Change:


The session, which the PoC User wants to listen, when there is no voice stream in the Primary PoC Session.


To:


A Secondary PoC session is a PoC session for which the PoC User receives media when there is no media present on the Primary PoC Session.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2383

		2004.12.07

		CP 3.3

		Editorial 


Session Type


Change:


SIP uri-parameter used to express the type of the PoC Group or the PoC Group Session the associated SIP URI refers: adhoc, prearranged, chat or 1-1.


To:


A Session Type is a SIP URI-parameter used to convey the type of  SIP URI, and may take on one of the following values: adhoc, prearranged, chat or 1-1.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2384

		2004.12.07

		CP 3.3

		Editorial 


Served PoC User


Change:


A PoC User who obtains a PoC Service from a PoC Server located in the Home PoC Network


To:


A PoC User that obtains a PoC Service from a PoC Server located in the Home PoC Network


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2385

		2004.12.07

		CP 3.3

		Editorial 


Service Instance


Change:


The instantiation of a logical connection across the radio interface associated with a particular protocol stack. Service Instances, as logical connections, are mapped onto the physical layer radio connections.  A Service Instance may be closely tied to a single application level flow, e.g., a voice service instance, or may support multiple application level flows, e.g., a best effort packet data service instance.


To:


A Service Instance is the instantiation of a logical connection across the radio interface associated with a particular protocol stack. Service Instances, as logical connections, are mapped onto the physical layer radio connections.  A Service Instance may be closely tied to a single application level flow, e.g., a voice service instance, or may support multiple application level flows, e.g., a best effort packet data service instance.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2386

		2004.12.07

		CP 3.3

		Editorial 


SigComp


Change:


Text based signaling compression mechanism specified in [RFC3320]


To:


SIGCOMP is a signaling compression mechanism specified in [RFC3320]; SIGCOMP in PoC provides for the compression of SIP requests and responses.   


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2387

		2004.12.07

		CP 3.3

		Editorial 


Simultaneous PoC Session


Change:


When a PoC User is a Participant in more then one PoC Session simultaneously using the same PoC Client.


To:


The term "Simultaneous PoC Session" refers to one of multiple SIP sessions that a PoC client concurrently supports.  It a PoC Client currently only supports one PoC session, then the term "simultaneous PoC session" is not applicable. 


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2388

		2004.12.07

		CP 3.3

		Editorial 


SIP Session


Change:


A SIP Session is considered as an exchange of  SIP signaling between two SIP User Agents that establishes and  deletes a SIP dialog.


To:


A SIP Session is a SIP dialog.  From RFC 3261, a SIP dialog is defined as follows: A dialog is a peer-to-peer SIP relationship between two   UAs that persists for some time.  A dialog is established by    SIP messages, such as a 2xx response to an INVITE request.  A dialog is identified by a call identifier, local tag, and a remote tag.  A dialog was formerly known as a call leg in RFC 2543.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2389

		2004.12.07

		CP 3.3

		Editorial 


SIP URI


Change:


URI used by the SIP protocol to address SIP User Agents


To:


From RFC 3261: "A SIP or SIPS URI identifies a communications resource" and "follows the guidelines in RFC 2396 [5]".  PoC uses SIP URIs to identify PoC clients, PoC servers, and PoC sessions, resource lists that point to URI lists, etc. 


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2390

		2004.12.07

		CP 3.3

		Editorial 


SIP User Agent


Change:


A SIP endpoint involved in SIP signaling defined in [RFC3261]


To:


A SIP User Agent is any SIP peer that performs SIP signaling  [RFC3261].


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2391

		2004.12.07

		CP 3.3

		Editorial 


Talk Burst


Change:


The media recording, transport and playback that occurs from the point the PoC Client has got the permission to send a media until the permission is released.


To:


A talk burst is the flow of media from a PoC Client while that has the floor.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2392

		2004.12.07

		CP 3.3

		Talk Burst Control


Change:


A control mechanism that arbitrates requests, from the PoC Clients, for the right to send media


To:


Talk Burst Control is a control mechanism that arbitrates requests from the PoC Clients, for the right to send media.


(OMA-POC-2004-1139)

		[2004.12.13]


Comment addressed to 3.2 (old 3.3 corrected)


Agreed


AI: Editor to include this change

JW: Fixed



		2393

		2004.12.07

		CP 3.3

		Editorial 


Talk Burst Control Protocol


Change:


A protocol for performing Talk Burst Control.


To:


Talk Burst Control Protocol (TBCP) is a protocol for performing Talk Burst Control, and is defined in these specifications.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2394

		2004.12.07

		CP 3.3

		Editorial 


Talker Identification


Change:


The procedure by which the current Talker's Identity may be established and made known to other PoC Session participants.


To:


Talker identification is the procedure by which the current Talker's Identity is determined and made known to listeners on the PoC session.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2395

		2004.12.07

		CP 3.3

		Editorial 


Unconfirmed Indication


Change:


The indication of readiness to receive media before PoC Server has received confirmation from downstream elements of readiness to receive media


To:


The unconfirmed indication is an indication returned by the PoC Server to confirm that it believes the PoC client able to accept media; the PoC server sends the unconfirmed indication prior to determining that all egress elements are ready or even able to receive media.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2396

		2004.12.07

		CP 3.3

		Editorial 


Unrestricted group


Change:


A Group that can be joined by any User


To:


An unrestricted group is a PoC Group that any PoC User may join.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2397

		2004.12.07

		CP 3.3

		Editorial 


User


Change:


A human using the described features through the User Equipment


To:


A User is any entity that uses the described features through the User Equipment.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2398

		2004.12.07

		CP 3.3

		Editorial 


User Accept List


An Access List where are listed the SIP URIs for accepting the incoming PoC Sessions.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2399

		2004.12.07

		CP 3.3

		Editorial 


User Equipment


Change:


A hardware device e.g. phone


To:


User Equipment is a hardware device that supports a PoC Client e.g., a wireless phone.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2400

		2004.12.07

		CP 3.3

		Editorial 


User Plane


Change:


Media and media control signaling between the PoC Client and PoC Server for push to talk over cellular (PoC) service.


To:


The User Plan includes the media and media control signaling (e.g., Talk Burst Control Protocol) between the PoC Client and PoC Server.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2401

		2004.12.07

		CP 3.3

		Editorial 


User Reject List


Change:


A User Reject List is an Access An Access List where are Llisted that contains the SIP URIs for which the PoC server for rejectsing requests forthe incoming PoC Sessions to the User.


To:


A User Reject List is an Access List that contains  SIP URIs for which the PoC server rejects requests for incoming PoC Sessions to the User.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		922

		2004.12.01

		CP 3.3 RTP

		Editorial:


Real Time Protocol, change to: Real-time Transport Protocol


(OMA-POC-2004-1104)

		[2004.12.13]


Agreed

AI: Editor to include this change

JW: Fixed



		2243

		2004.12.06

		CP 4

		Technical:


Make the following changes:


“This specification contains the Control Plane procedures for the Push-To-Talk over Cellular (PoC) service on the POC-1, POC-2 and IP-1 as specified in [OMA-PoC-AD].”


To:


“This specification contains the Control Plane procedures for the Push-To-Talk over Cellular (PoC) service on the POC-1, POC-2 and IP-1 reference points as specified in [OMA-PoC-AD].”


(OMA-POC-2004-1141)

		[2004.12.13]


AI: Motorola to write contribution



		2244

		2004.12.06

		CP 4

		Editorial:


Align the text with the actual title:


“Appendix A: "Version History" describes the document version history.”


To:


“Appendix A: "Change History" describes the document version history.”


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2245

		2004.12.06

		CP 4

		Editorial:


Align the text with the actual title:


“Appendix B: "Initial Filter Criteria logic examples" is an informative annex to describe the originating and terminating filter criteria for the IMS to support the PoC functionality.”


To:


“Appendix B: "Initial Filter Criteria" is an informative annex to describe with logic examples the originating and terminating filter criteria for the IMS to support the PoC functionality.”


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2246

		2004.12.06

		CP 4

		Editorial:


“Appendix C: "Documentation of SIP SDP and XML extensions" is …”


To:


“Appendix C: "Documentation of SIP SDP and XML extensions" is …”


Add a comma after ‘SIP’ to align the text with the actual title.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2247

		2004.12.06

		CP 4

		Editorial:


Align the text with the actual title:


“Appendix F: "Static conformance requirements (SCR)" is an informative annex containing tables of mandatory and optional features.”


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1447

		2004.12.06

		CP 4.

		Technical:


Currently, none of the specifications (PoC or XDM) describe the XDM-related functionality of the PoC entities (i.e. XDMC, PoC XDMS, PoC Server).  It is proposed that such text be added to the PoC XDM Spec, and an appropriate pointer be added to the CP Spec.


Proposed text: (for Introduction)


“The PoC service makes use of various data repositories in the network, where XML documents related to the PoC service are stored and managed.  The XML Document Management (XDM) functions of PoC entities are described in [POC_XDMS].


(OMA-POC-2004-1116)

		[2004.12.13]






		923

		2004.12.01

		CP 5 and all other sections

		The notes seems not to use the NO style instead normal indent is used. Change to NO style


(OMA-POC-2004-1104)

		[2004.12.13]


AI: Editor to resolve the issue

JW: Fixed (all NOTES reformatted)



		2248

		2004.12.06

		CP 5.1

		Technical/Editorial:


Should be normative text.


routes via --> SHALL route via


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2306

		2004.12.07

		CP 5.1

		Editorial


Small grammar fixes as follows:


Change:


All Control Plane signalling requests and responses between PoC Client and PoC Server as well as between PoC Servers routes via the SIP/IP core as specified in [OMA-PoC-AD].


To:


All Control Plane signalling requests and responses between the PoC Client and the PoC Server, as well as between PoC Servers, are routed via the SIP/IP core as specified in [OMA-PoC-AD]. 


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		924

		2004.12.01

		CP 5.1

		All Control Plane signalling requests and responses between PoC Client and PoC Server as well as between PoC Servers routes via the SIP/IP core as specified in [OMA-PoC-AD].  Something is missing in this sentence like This Clause describes...


(OMA-POC-2004-1104)

		[2004.12.13]


Withdrawn



		2249

		2004.12.06

		CP 5.2

		Editorial:


On the third line: “P-Asserted-Identity Header”


Use lower case in ‘header’.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2307

		2004.12.07

		CP 5.2

		Editorial:


Current text is:


The From header MAY be used to carry the Authenticated Originator's PoC Address and MAY be supported by the PoC Server providing a means exists to authenticate it such as per request Proxy Authentication by the SIP/IP core which also supports transitive trust within itself and between itself and the PoC Server.


The above is a run-on sentence, and at least needs additional punctuation.  However, it may be easier to break it up: 


Add:


The From header MAY be used to carry the Authenticated Originator's PoC Address, and MAY be supported by the PoC Server.  The PoC server may be able to support an Authenticated Originator's PoC address in the From header if the PoC server has transitive trust with the SIP core, and if the SIP core is able to perform proxy authentication of the PoC client  


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2308

		2004.12.07

		CP 5.3

		Editorial


Currently:


If the signalling compression is supported by the SIP/IP Core, the SIP/IP Core SHALL support signaling compression (SigComp) according to rules and procedures of [RFC 3320], [RFC 3485] and [RFC 3486] to reduce the transmission delays.


The prepositional phrase at the end is a reason to use signaling compression and it is not necessary to state.  The following edit is also in the active voice.


Add:


If the SIP/IP Core supports SIP signaling compression, the SIP/IP Core SHALL support SIGCOMP, as specified in [RFC 3320], [RFC 3485] and [RFC 3486].


In the following note of the same section, there is a missing comma (after [RFC 3321]):


NOTE: 
Dynamic compression and USD can be implemented without using the extended operations mechanisms of [RFC 3321], which is referenced here in the interest of thoroughness.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		925

		2004.12.01

		CP 5.3

		Technical:


Remove editors note. Details now taken care of in 3GPP. Some ended up in TR 23.979 and some TS24.229. An reference to the TR could be useful in this subclause.


(OMA-POC-2004-1104)

		[2004.12.13]


Removing editors note -- agreed.


AI: Editor to include this change

JW: Fixed (reference to TR could be added later if required)



		2250

		2004.12.06

		CP 6

		Editorial:


When including a new header in the request/response sometimes it is said “include the <name> header” and sometimes “include a <name> header” and sometimes even “include <name> header”. Similarly when saying “include <something> in a/the <name> header”. See e.g. 6.1.3.1. Evidently editorial cleaning is needed.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed (where seen)



		2252

		2004.12.06

		CP 6

		Editorial:


Sometimes there is an “and” in the end of the second last bullet point and  sometimes there isn’t.


Should be aligned. Proposal: Remove the “and”.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed (where seen)





		2254

		2004.12.06

		CP 6

		Editorial:


Sometimes a bullet point has a dot in the end and sometimes a semicolon.


Should be aligned. Proposal: Use semicolon.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed (where seen)



		2256

		2004.12.06

		CP 6

		Editorial:


The text of the sub-steps (i.e. in sub-bullet points a, b, i, ii, etc) has the first letter with sometimes upper, sometimes lower case.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed (where seen)



		2405

		2004.12.07

		CP 6

		Editorial:


Change:


SIP/IP core


To:


SIP/IP Core


(OMA-POC-2004-1142)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2407

		2004.12.07

		CP 6

		Editorial:


Change:


according to the rules and procedures of


To:


according to rules and procedures of


(OMA-POC-2004-1142)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2472

		2004.12.07

		CP 6

		Editorial:


Change:


“according to rules and procedures in [reference]”


To:


“according to rules and procedures of [reference]”


(OMA-POC-2004-1143)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		926

		2004.12.01

		CP 6

		Technical: 


How the PoC Client shall use the "unconfirmed" and "confirmed" parameter (received in P-Answer-State) is not described in the originating procedures.


(OMA-POC-2004-1104)

		[2004.12.13]


Implementation issue


AI: Ericsson to write contribution



		1978

		2004.12.06

		CP 6.1 in general

		Technical:


We should add a NOTE somewhere in 6.1 and 6.2 (maybe several places) to give warning that PoC Client should not select two small value (less than 8) for the amount of maximum number of codec frames per one RTP packet, because at least the PoC Clients under GRPS networks will become to the problems.


Nokia to contribute. 


(OMA-POC-2004-1132)

		[2004.12.13]

3GPP SA4 work this issue?


Differ decision.

AI: Nokia willing to write contribution



		1499

		2004.12.06

		CP 6.1.1.1

		Technical:


The PoC Client SHALL register, re-register and de-register to the SIP/IP Core according to rules and procedures of [RFC3261] with the clarifications in the following subclauses.


The PoC Client


1. SHALL include the PoC feature-tag '+g.poc.talkburst'.


2. SHALL include the PoC feature-tag '+g.poc.groupad' if receiving of Group Advertisement messages are supported; 


3. SHALL include the User-Agent header to indicate the PoC release version. 


The first sentence talks about de-register but the bullet list conflicts with the de-registration procedure.


(OMA-POC-2004-1118)

		[2004.12.13]


Issue recognized


AI: RIM to write contribution



		2191

		2004.12.06

		CP 6.1.1.1

		Text does not state, where to include the feature tags.


Proposal: 


The PoC Client


1. SHALL include the PoC feature-tag '+g.poc.talkburst' in the Contact header


2. SHALL include the PoC feature-tag '+g.poc.groupad' in the Contact header if receiving of Group Advertisement messages are supported; 


(OMA-POC-2004-1138)

		[2004.12.13]


Editorial


AI: Editor to include this change

JW: Fixed



		259 (257)

		2004.11.30

		CP 6.1.1.1

		Technical:


Generation of REGISTER is missing.


(OMA-POC-2004-1093)

		[2004.12.03]


Valid comment.


AI: contribution assigned to Nokia



		927

		2004.12.01

		CP 6.1.1.1

		Technical: 


It would be very useful if the bullet 3 could make a reference to the subclause describing how to code the PoC release version.


(OMA-POC-2004-1104)

		[2004.12.13]


Basically agreed


AI: Ericsson to write contribution



		1500

		2004.12.06

		CP 6.1.1.2

		Editorial


Add bullet numbers to bullets


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2258

		2004.12.06

		CP 6.1.1.2

		Technical:


What the PoC Client must do to force the SIP/IP Core to update the Contact information at re-registration and de-registration?


(OMA-POC-2004-1141)

		[2004.12.13]

Comment rather to 3GPP?

Required action unknown. If anyone finds requied action in OMA, write contribution.



		260 (258)

		2004.11.30

		CP 6.1.1.2

		Technical:


Registrar SHALL update the binding at the re-registration. Is 6.1.1.2 and 6.1.1.3 the correct place to specify it?


(OMA-POC-2004-1093)

		[2004.12.03]


Validity questioned. Resubmission of comment required.


AI: Nokia to resubmit comment.



		1501

		2004.12.06

		CP 6.1.1.3

		The current text does not cover the case where the PoC Client  deregisters for PoC Sessions but remains able to receive Group Advertisements 


(OMA-POC-2004-1118)

		[2004.12.13]

Open

AI: RIM to write contribution, if required



		2259

		2004.12.06

		CP 6.1.1.3

		Technical:


What the PoC Client must do to force the SIP/IP Core to update the Contact information at re-registration and de-registration?


(OMA-POC-2004-1141)

		[2004.12.13]


Open


AI: RIM to write contribution, if required



		2260

		2004.12.06

		CP 6.1.1.3

		Technical/Editorial:


Replace the second bullet point:


“Sending a SIP REGISTER request with an Expires header set to 0 if the terminal needs to also deregister from the SIP/IP core.”


with


“If the terminal needs to deregister also from the SIP/IP Core, the PoC Client SHALL send a SIP REGISTER request with an Expires header set to 0.”


(OMA-POC-2004-1141)

		[2004.12.13]


Remove "also", but "If the terminal also needs  "

AI: Editor to include this change

JW: Fixed



		235 (233)

		2004.11.30

		CP 6.1.1.3

		Feature-tag +g.poc to be replaced by +g.poc.Groupad


(OMA-POC-2004-1091)

		[2004.12.01]


Valid comment. 


"group" (starting with lower "g").


AI: correction assigned to CP Editor JW: Fixed



		261 (258)

		2004.11.30

		CP 6.1.1.3

		Technical:


Registrar SHALL update the binding at the re-registration. Is 6.1.1.2 and 6.1.1.3 the correct place to specify it?


(OMA-POC-2004-1093)

		[2004.12.03]


Validity questioned. Resubmission of comment required.


AI: Nokia to resubmit comment.



		262 (259)

		2004.11.30

		CP 6.1.1.3

		Editorial:


Change in the first bullet “’+g.poc’ to ‘ +g.poc.groupad’.


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		928

		2004.12.01

		CP 6.1.1.3

		Technical: 


the second bullet is informative should be normative.


(OMA-POC-2004-1104)

		[2004.12.13]


Already covered by other comments.



		929

		2004.12.01

		CP 6.1.1.3

		Editorial:


PoC Service --> PoC service in 1 place


(OMA-POC-2004-1104)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed



		930

		2004.12.01

		CP 6.1.1.3

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed



		931

		2004.12.01

		CP 6.1.1.3

		Editorial:


Poc feature-tag --> PoC feature-tag in 1 place


(OMA-POC-2004-1104)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed



		1545

		2004.12.06

		CP 6.1.10

		Technical


Nothing is stated here about the Authenticated Originator's PoC Address


(OMA-POC-2004-1118)

		[2004.12.13]

AI: Ericsson to write contribution



		2441

		2004.12.07

		CP 6.1.10

		Technical/Editorial:


Change:


“The responses to the SIP SUBSCRIBE request SHALL be handled according to rules and procedures of [RFC3265] and [draft-conference-state], and the rules and procedures of the SIP/IP core with the clarifications given in this subclause.”


To:


“The responses to the SIP SUBSCRIBE request SHALL be handled according to rules and procedures of [RFC3265], [draft-conference-state], and the SIP/IP Core with the clarifications given in this subclause.”


(OMA-POC-2004-1142)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed



		2442

		2004.12.07

		CP 6.1.10

		Editorial:


After “Upon receiving an incoming …”  divide the big bullet point 1 in two by starting bullet point 2 with “MAY display …”. 


(OMA-POC-2004-1142)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed



		290 (287)

		2004.11.30

		CP 6.1.10

		Editorial:


Start the bullet 4 with word “SHALL”.


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		932

		2004.12.01

		CP 6.1.10

		Editorial: 


Second paragraph should be a bullet 1 (following the styel of other subclauses)


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		933

		2004.12.01

		CP 6.1.10

		Normative text (SHALL) is missing in bullet #4


(OMA-POC-2004-1104)

		[2004.12.13]


Remove "also", but "If the terminal also needs" (Does not apply to this sub-clause)

AI: Editor to include this change

JW: Fixed



		934

		2004.12.01

		CP 6.1.10

		SIP/IP core --> SIP/IP Core in 2 places


(OMA-POC-2004-1104)

		[2004.12.13]

Editorial


AI: Editor to include this change

JW: Fixed



		935

		2004.12.01

		CP 6.1.10

		One-off request and Continuous mode for subscription to Participant information is not defined. PoC ETR section 5.1.1.3 mentionned these. Describe in AD chapter 9.10 only.


(OMA-POC-2004-1104)

		[2004.12.13]


AI: Ericsson to write contribution



		2443

		2004.12.07

		CP 6.1.11.1

		Editorial:


Title of the 6.1.3.3 is not correct.


(OMA-POC-2004-1142)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		291 (288)

		2004.11.30

		CP 6.1.11.1

		Editorial:


Change the reference “On-demand Session establishment” to “Establishing of an On-demand Session”.


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		292 (289)

		2004.11.30

		CP 6.1.12

		Editorial:


Change 


“…if Simultaneous Sessions are supported …”


to


“ …if Simultaneous PoC Sessions are supported …”.


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1149

		2004.12.01

		CP 6.1.12.1

		Wrong reference in (2): It shall be "... negotiation" not "... MIME registration".


C.3.2 “SDP Simultaneous Sessions negotiation”,


(OMA-POC-2004-1106)

		[2004.12.13]


3.2 is not valid any more


See [1547], closed



		1471

		2004.12.06

		CP 6.1.12.1

		Editorial:


Last paragraph.  Add wording for clarification and consistency as follows: “The PoC Client MAY indicate the PoC Session priority and PoC session locking setting in the same SIP request.”.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1546

		2004.12.06

		CP 6.1.12.1

		Editorial


1. SHALL generate a SDP offer using a SIP INVITE or re-INVITE or UPDATE request as specified in subclause 6.1.4.1 "General";


Modify to


1. SHALL generate a SDP offer according to rules and procedures of [RFC2327] and [RFC 3264] using a SIP INVITE or re-INVITE or UPDATE request as specified in subclause 6.1.4.1 "General";


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1547

		2004.12.06

		CP 6.1.12.1

		Editorial


2. SHALL include a MIME SDP body with the PoC Session attribute “poc-group-scan” according to subclause C.3.2 “SDP Simultaneous Sessions MIME registration”,


Change attribute to parameter and correct Appendix C reference 


2. SHALL include a MIME SDP body with the PoC Session parameter “poc-group-scan” according to subclause C.3.1 “SDP Simultaneous Sessions MIME registration”,


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1548

		2004.12.06

		CP 6.1.12.1

		Technical


On receipt of the SIP 200 "OK" response the PoC Client:


Checking that the request was accepted needs to be added.


(OMA-POC-2004-1118)

		[2004.12.13]


AI: Nokia to write contribution for clarification



		2444

		2004.12.07

		CP 6.1.12.1

		Technical:


Step 1: 6.1.4.1 doesn’t contain SDP offer generation. What would be the correct reference?


(OMA-POC-2004-1142)

		[2004.12.13]

This comment is covered in [1546]



		2446

		2004.12.07

		CP 6.1.12.1

		Technical/Editorial:


Is the reference to C.3.2 correct in step 2? Should it be C.3.1?


(OMA-POC-2004-1142)

		[2004.12.13]


This comment is covered in [1547]



		293 (290)

		2004.11.30

		CP 6.1.12.1

		Editorial:


Change in the first bullet:


“SHALL generate a SDP offer using SIP INVITE or re-INVITE or UPDATE …”


to


“SHALL generate a SDP offer using SIP INVITE or SIP re-INVITE or SIP UPDATE”.


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		294 (291)

		2004.11.30

		CP 6.1.12.1

		Editorial:


Change the reference:


“C.3.2 SDP Simultaneous Sessions MIME registration”


to


“C3.1 Talk Burst Control protocol MIME registration”.


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		937

		2004.12.01

		CP 6.1.12.1

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed



		1150

		2004.12.01

		CP 6.1.12.2

		Wrong reference in (2): It shall be "... negotiation" not "... MIME registration".


C.3.2 “SDP Simultaneous Sessions negotiation”,


(OMA-POC-2004-1106)

		[2004.12.13]


AI: Editor to include this change

JW: This is still a registration and the reference has been changed 3.1 (see also 294 and 1550).



		1151

		2004.12.01

		CP 6.1.12.2

		Inconsistent SDP attribute name in (2)


“poc_lock” → “poc-lock”


(OMA-POC-2004-1106)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed



		1472

		2004.12.06

		CP 6.1.12.2

		Editorial:


Change the attribute to be consistent with C.3.2.  attribute would be changed to read “poc-lock”.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1549

		2004.12.06

		CP 6.1.12.2

		Editorial


1. SHALL generate a SDP offer using a SIP INVITE or re-INVITE or UPDATE request as specified in subclause 6.1.4.1 "General";


Modify to


1. SHALL generate a SDP offer according to rules and procedures of [RFC2327] and [RFC 3264] using a SIP INVITE or re-INVITE or UPDATE request as specified in subclause 6.1.4.1 "General";


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1550

		2004.12.06

		CP 6.1.12.2

		Editorial


2. SHALL include a MIME SDP body an PoC Session Locking attribute “poc_ lock” according to subclause C.3.2 “SDP Simultaneous Sessions MIME registration”,


Change attribute to parameter and correct Appendix C reference 


2. SHALL include a MIME SDP body an PoC Session Locking parameter “poc_ lock” according to subclause C.3.1 “SDP Simultaneous Sessions MIME registration”,


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed

 



		1551

		2004.12.06

		CP 6.1.12.2

		Technical


On receipt of the SIP 200 "OK" response the PoC Client:


Checking that the request was accepted needs to be added.


(OMA-POC-2004-1118)

		[2004.12.13]


See [xxx]






		2445

		2004.12.07

		CP 6.1.12.2

		Technical:


Step 1: 6.1.4.1 doesn’t contain SDP offer generation. What would be the correct reference?


(OMA-POC-2004-1142)

		[2004.12.13]


See [1549]



		2447

		2004.12.07

		CP 6.1.12.2

		Technical/Editorial:


Is the reference to C.3.2 correct in step 2? Should it be C.3.1?


(OMA-POC-2004-1142)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed



		2448

		2004.12.07

		CP 6.1.12.2

		Editorial:


Change:


“2. SHALL include a MIME SDP body an PoC Session Locking attribute “poc_ lock” according to subclause C.3.2 “SDP Simultaneous Sessions MIME registration”,”


To:


“2. SHALL include a MIME SDP body with the PoC Session Locking attribute “poc_lock” according to subclause C.3.2 “SDP Simultaneous Sessions MIME registration”,”


(OMA-POC-2004-1142)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		295 (292)

		2004.11.30

		CP 6.1.12.2

		Editorial:


Change in the first bullet:


“SHALL generate a SDP offer using SIP INVITE or re-INVITE or UPDATE …”


to


“SHALL generate a SDP offer using SIP INVITE or SIP re-INVITE or SIP UPDATE”.


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		296 (293)

		2004.11.30

		CP 6.1.12.2

		Editorial:


Change the reference:


“C.3.2 SDP Simultaneous Sessions MIME registration”


to


“C3.1 Talk Burst Control protocol MIME registration”.


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		938

		2004.12.01

		CP 6.1.12.2

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed



		1502

		2004.12.06

		CP 6.1.2

		Editorial:


To set or update the PoC service settings, the PoC Client:


Change to:


Whenever the PoC User changes the any of the PoC service settings (Answer Mode, Incoming Session Barring, Incoming Alert Barring) the PoC Client:


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor

[2004.12.13]


See [2262] (contribution required)



		1503

		2004.12.06

		CP 6.1.2

		Editorial


On receiving the SIP 200 “OK” response to the SIP PUBLISH request the PoC Client MAY indicate the result of the setting to the PoC User.


Modify to:


"On receiving the SIP 200 “OK” response to the SIP PUBLISH request the PoC Client MAY indicate to the PoC User the successful communication of the PoC service settings to the PoC Server.


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1504

		2004.12.06

		CP 6.1.2

		Technical


Nothing is mentioned about the Authenticated Originator's PoC Address


(OMA-POC-2004-1118)

		[2004.12.13]


See [xxx] Ericsson



		2261

		2004.12.06

		CP 6.1.2

		Technical:


To align with other similar instances, make the following addition:


“SHALL include an Accept-Contact header with the Poc feature-tag '+g.poc.talkburst'; and,”


As:


“SHALL include an Accept-Contact header with the Poc feature-tag '+g.poc.talkburst' along with ‘require’ and ‘explicit’ parameters according to rules and procedures of  [RFC 3841]; and,”


(OMA-POC-2004-1141)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed



		2262

		2004.12.06

		CP 6.1.2

		Technical:


Remove the following paragraph because it is already said on the first line of the subclause:


“The PoC client SHALL update the PoC service settings according to the rules and procedures of [RFC3903] and [draft-poc-isb-am]”


(OMA-POC-2004-1141)

		[2004.12.13]


update -> refresh needed


AI: Ericsson to write contribution to clarify update and refresh, which also cover [1502]



		2263

		2004.12.06

		CP 6.1.2

		Editorial:


Make the following changes:


“NOTE: 
It is needs to be studied whether a single PoC Address can be used with more than one PoC Client.”


To:


“NOTE: 
It needs to be studied whether a single PoC Address can be used with more than one PoC Client.”


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		939

		2004.12.01

		CP 6.1.2

		Editorial:


Poc feature-tag --> PoC feature-tag in 1 place


(OMA-POC-2004-1104)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed



		940

		2004.12.01

		CP 6.1.2

		Editorial:


PoC client --> PoC Client in 1 place


(OMA-POC-2004-1104)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed



		1505

		2004.12.06

		CP 6.1.3.1

		Technical


Missing Inclusion of the Authenticated Originator's PoC Address (P-Preferred-Identity header in IMS) in the INVITE


(OMA-POC-2004-1118)

		[2004.12.13]


AI: Ericsson



		1506

		2004.12.06

		CP 6.1.3.1

		Technical


On receipt of the SIP 200 "OK" response to the initial SIP INVITE request the PoC Client SHALL start the SIP Session timer using the value received in the Session-Expires header according to rules and procedures of [draft-ietf-sip-session-timer].


ACK is missing.


Add to the end of this sentence 


"and send a SIP ACK request according to rules and procedures of [RFC3261]"


(OMA-POC-2004-1118)

		[2004.12.13]


Everywhere ACK is applicable shall be checked


AI: RIM to write contribution



		1507

		2004.12.06

		CP 6.1.3.1

		Technical


On receipt of a final response to the SIP INVITE request, the PoC Client SHALL store the list of SIP methods that the PoC Server supports if received in the Allow header.


Text only covers an Allow header in a final response but in On-demand case the Allow header couldl be received in the 180 ringing.


Either handle here or in 6.1.3.3.1


(OMA-POC-2004-1118)

		[2004.12.13]


AI: Ericsson to write contribution



		2264

		2004.12.06

		CP 6.1.3.1

		Editorial:


Make the following changes in the first step:


“SHALL include an Accept-Contact header with the Poc feature-tag '+g.poc.talkburst' along with ‘require’ and ‘explicit’ parameters according to the rules and procedures of  [RFC 3841]in all initial SIP INVITE requests.”


To:


“SHALL include an Accept-Contact header with the PoC feature-tag '+g.poc.talkburst' along with ‘require’ and ‘explicit’ parameters according to rules and procedures of  [RFC 3841] in all initial SIP INVITE requests.”


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2265

		2004.12.06

		CP 6.1.3.1

		Editorial:


Make the following changes in the fourth step:


“SHALL include the feature tag '+g.poc.talkburst' in the Contact header.”


To:


“SHALL include the PoC feature tag '+g.poc.talkburst' in the Contact header.”


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		263 (260)

		2004.11.30

		CP 6.1.3.1

		Editorial:


In the second last paragraph change “usingthe” to “using the”.


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		941

		2004.12.01

		CP 6.1.3.1

		Editorial add a space between [RFC 3841] and in. Reference [RFC 3841] shall be [RFC3841].


(OMA-POC-2004-1104)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed





		942

		2004.12.01

		CP 6.1.3.1

		Editorial: 


PoC server --> PoC Server in note 1


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed (throughout doc)



		943

		2004.12.01

		CP 6.1.3.1

		Editorial: 


On receipt of the SIP 200 "OK" ... usingthe --> using the


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		944

		2004.12.01

		CP 6.1.3.1

		Should "selection of identity information" be explained in this chapter? Reference in RFC 3325. ETR chapter 5.1.1.3 [07] refer to selection of identity. 


(OMA-POC-2004-1104)

		[2004.12.13]


AI: Ericsson to write contribution



		945

		2004.12.01

		CP 6.1.3.1

		Editorial:


Poc feature-tag --> PoC feature-tag in 1 place


(OMA-POC-2004-1104)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed



		946

		2004.12.01

		CP 6.1.3.1

		Editorial:


PoC server --> PoC Server in 1 place


(OMA-POC-2004-1104)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed



		1152

		2004.12.01

		CP 6.1.3.2.1

		Editorial:


Bullet (5) has wrong number.


(OMA-POC-2004-1106)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1448

		2004.12.06

		CP 6.1.3.2.1

		Technical:


Bullet 3, sub-bullet e).  Media is set to “inactive” per RFC3108.  RFC3108 specifies this in regards to ATM L2 protocol.  Does this preclude other L2 protocols?


(OMA-POC-2004-1116)

		[2004.12.13]


Withdrawn



		1466

		2004.12.06

		CP 6.1.3.2.1

		Editorial:


Bullet 3, sub-bullet c).  The reference to RFC3550 is not contained in the reference list.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed (TBD: add full title to RFC3550 reference).



		1508

		2004.12.06

		CP 6.1.3.2.1

		Technical:


Upon receiving a request from a PoC User to initiate a Pre-established Session the PoC Client: 


Is creation of the Pre-established session only or always initiated by the Poc User?


This may be an automatic thing that happens after PoC Service Registration. 


Modify to:


When the PoC Client needs to initiate a Pre-established Session the PoC Client: 


(OMA-POC-2004-1118)

		[2004.12.13]

Change "needs to initiate" to "initiates"

AI: Editor to include this change

JW: Fixed



		1509

		2004.12.06

		CP 6.1.3.2.1

		Editorial


b) set the supported codecs of the PoC Client


Modify to


b) Include the set of codecs supported by the PoC Client for the PoC service


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1510

		2004.12.06

		CP 6.1.3.2.1

		Technical:


d) set the offered Talk Burst Control Protocol and the port number(s) for the Talk Burst Control Protocol


Talk Burst parameters missing


Modify to: 


d) The offered Talk Burst Control Protocol, Talk Burst Parameters and the port number(s) for the Talk Burst Control Protocol.


(OMA-POC-2004-1118)

		[2004.12.13]


"Talk Burst Control Protocol(s)" (add "(s)")


"parameter(s)" (lower case and parenthes)

AI: Editor to include this change

JW: Fixed



		2266

		2004.12.06

		CP 6.1.3.2.1

		Technical:


Because there may be other media parameters, make the following changes in step b:


“b)   set the supported codecs of the PoC Client”


To:


“b)   set the supported codecs and other media parameters of the PoC Client”


(OMA-POC-2004-1141)

		[2004.12.13]


Considering [1509].


AI: contribution?



		2270

		2004.12.06

		CP 6.1.3.2.1

		Technical:


Because several protocols may be offered, make the following changes in step d:


“d) set the offered Talk Burst Control Protocol and the port number(s) for the Talk Burst Control Protocol”


To:


“d) set the offered Talk Burst Control Protocols and the port numbers for the Talk Burst Control Protocol”


(OMA-POC-2004-1141)

		[2004.12.13]


Done in [1510]



		2274

		2004.12.06

		CP 6.1.3.2.1

		Editorial:


Use single quotes around the “inactive” in the step 3e.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		947

		2004.12.01

		CP 6.1.3.2.1

		Editorial: 


Inconsistent style in the chapter at the ending of a line a ";", "." or " " is used. Use same style!


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		948

		2004.12.01

		CP 6.1.3.2.1

		PoC Service --> PoC service in 1 place


(OMA-POC-2004-1104)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed



		949

		2004.12.01

		CP 6.1.3.2.1

		Technical:


Change: IP address and port number for the RTCP Session at the PoC Client to: IP address and port number to be used for RTCP at the PoC Client 


(OMA-POC-2004-1104)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed



		950

		2004.12.01

		CP 6.1.3.2.1

		Editorial: 


Bullet #4 is missing, change numbering


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		951

		2004.12.01

		CP 6.1.3.2.1

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed



		952

		2004.12.01

		CP 6.1.3.2.1 bullet 1

		Technical: 


A reference is made to the 6.1.3.1. "General" chapter. The general chapter includes setting of privacy and it seems strange to set privacy on the pre-established session. Should it be done when establishing a PoC Session instead?


(OMA-POC-2004-1104)

		[2004.12.13]

Further consistent investigation needed. Open.



		953

		2004.12.01

		CP 6.1.3.2.1 bullet 2

		Editorial: 


PoC Service -> PoC service


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1153

		2004.12.01

		CP 6.1.3.2.2

		The bullet 4a could lead to misinterpretation that SIP URI is included in Refer-To.


Please clarify that the “Refer-To” contains a “CID URI as defined in [RFC 2392] identifying the body part containing the resource list body” and not “the identity of the URI list”


(OMA-POC-2004-1106)

		[2004.12.13]

Valid, contribution requested.

AI: Siemens to write contribution



		1467

		2004.12.06

		CP 6.1.3.2.2

		Editorial:


Bullet 4.  sub-bullet c) should be letter b)


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1511

		2004.12.06

		CP 6.1.3.2.2

		Technical:


4. SHALL include the "'method'" parameter with the value "INVITE" in the Refer-To header;


REFER defaults to INVITE if no Method URI Parameter is specified. Since we want the REFER to be as short as possible this is therefore redundant and unnecessary.


It is proposed to delete bullet 4. 


.


(OMA-POC-2004-1118)

		[2004.12.13]


AI: Editor to remove the 4th bullet which include "method" (there are two bullets "4")

JW: Fixed



		1512

		2004.12.06

		CP 6.1.3.2.2

		Technical:


Session Type URI parameter is missing (1-1 or adhoc).


Add bullet


Include Session Type uri-parameter "session=1-1” or  “session=adhoc”, respectively as defined in C.5.1 “Session Type uri-parameter”


(OMA-POC-2004-1118)

		[2004.12.13]


Commentator recognizes it controversial. Alternative could be to place the references to the appropriate RFC. Contribution required.


AI: ???



		1513

		2004.12.06

		CP 6.1.3.2.2

		Technical:


Upon receiving an incoming SIP NOTIFY request that is part of the same SIP dialog as the previously sent SIP REFER request the PoC Client SHALL handle the request according to rules and procedures of [RFC3515]. 


Need to add reference to RFC 3265 here


(OMA-POC-2004-1118)

		[2004.12.13]


Editor include RFC 3265

JW: Fixed



		2275

		2004.12.06

		CP 6.1.3.2.2

		Technical:


Because one PoC User can be invited also with URI-list, make the following changes in step 3:


3. SHALL  in case of a 1-1 PoC Session set the Refer-To header of the SIP REFER request to the PoC Address of the invited PoC User according to rules and procedures of [RFC3515];


To:


3. SHALL  in case of a 1-1 PoC Session either 


set the Refer-To header of the SIP REFER request to the PoC Address of the Invited PoC User with the “method” parameter set to value “INVITE” according to rules and procedures of [RFC3515]; or


act like in Ad-hoc PoC Group Session case with only one Invited PoC User;


(OMA-POC-2004-1141)

		[2004.12.13]


Remove "the method parameter set to value INVITE"

Further consistency checkingwith IETF may needed.

AI: Nokia to write contribution



		2276

		2004.12.06

		CP 6.1.3.2.2

		Editorial:


Step 4a: URI list --> URI-list


Step 4c shall be 4b.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2277

		2004.12.06

		CP 6.1.3.2.2

		Technical:


Because the “method” parameter cannot be in Refer-To header in case URI-list is used, make the following changes:


“4c) include a MIME resource-lists body according to rules and procedures of [draft-multiple-refer] with the list of the Invited PoC Users.”


4. SHALL include the "'method'" parameter with the value "INVITE" in the Refer-To header;


To:


“4c) include a MIME resource-lists body containing a list of the Invited PoC Users with the “method” parameter set to value “INVITE” according to rules and procedures of [draft-multiple-refer].”


(OMA-POC-2004-1141)

		JW: Was this agreed?



		2278

		2004.12.06

		CP 6.1.3.2.2

		Technical:


Add the following as a new step after the “first” step 4:


“MAY in case only one PoC User is invited include “norefersub” option tag in a Require header according to rules and procedures of draft-olson-sipping-refer-extensions-01;”


Add the mentioned Internet-Draft to the sub-clause 2.1 Normative References.


(OMA-POC-2004-1141)

		[2004.12.13]


Use the correct IETF draft to improve this issue preferred.


AI: Lucent to write contribution



		2280

		2004.12.06

		CP 6.1.3.2.2

		Editorial:


To align with other similar instances and to follow the rule to start the line with condition (if it exists) replace the following:


“SHALL include a P-Alerting-Mode header with the value "MAO" according to the rules and procedures of  [draft-poc -p-headers] if the PoC User has requested Manual Answer Override.”


with the following:


“SHALL in case the PoC User has requested Manual Answer Override include in the SIP REFER request a P-Alerting-Mode header with the value "MAO" according to rules and procedures of  [draft-poc-p-headers];”


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2309

		2004.12.07

		CP 6.1.3.2.2

		Technical


There is a requirement to include "norefersub", and the second bullet is 'b' not 'c'. 


b) include a MIME resource-lists body according to rules and procedures of [draft-multiple-refer] with the list of the Invited PoC Users.


Add:


c) include the norefersub option-tag in the Require header field according to rules and procedures of [draft-multiple-refer].


(OMA-POC-2004-1139)

		[2004.12.13]


Inclusion of "norefersub" is MUST. No needs to mention here?

AI: Lucent to write contribution



		2312

		2004.12.07

		CP 6.1.3.2.2

		Technical


P-Alerting-Mode can also assume the value of "auto", so that should be specified; it isn't necessary to define MAO because the IETF specification does that.  


Change:


7. SHALL include a P-Alerting-Mode header with the value "MAO" according to the rules and procedures of  [draft-poc -p-headers] if the PoC User has requested Manual Answer Override.


To:


7. SHALL include a P-Alerting-Mode header with the value "MAO" or "Auto" according to the rules and procedures of  [draft-poc -p-headers].  


(OMA-POC-2004-1139)

		[2004.12.13]

Detail needs further clarification. Contribution required.

AI: Lucent to write contribution



		236 (234)

		2004.11.30

		CP 6.1.3.2.2

		Accept contact header should according to draft-ietf-sip-callerprefs chapter 4 not to be included in sub sequent requests, as routing will be based on initial request.


Therefore the Accept contact header should be deleted in some sub clauses of chapter 6. Chapter 7 already by now follows the rule described above.


Delete Bullet 5 including Accept Contact


(OMA-POC-2004-1091)

		[2004.12.01]


Valid comment.


Concern on REFER which could be sent outside the dialogue, but it is not applicable to this subclause.


AI: correction assigned to CP Editor


JW: Fixed



		2418

		2004.12.07

		CP 6.1.3.2.2

		Technical:


In the third last paragraph, should the response code be 2xx or 202. In similar situation of 6.1.3.2.2 response 202 is sent. Which one should be used? According to RFC3515 at least both 200 and 202 seems to be possible. So 2xx might be the correct.


(OMA-POC-2004-1142)

		[2004.12.13]


Not "2xx" but only "202", or both?


Continue off-line discussion.



		2423

		2004.12.07

		CP 6.1.3.2.2

		Technical:


Align the paragraph “Upon receiving an incoming SIP NOTIFY …” with the model in 6.1.6.2.


(OMA-POC-2004-1142)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed



		954

		2004.12.01

		CP 6.1.3.2.2

		Editorial: 


Bullet #2 a space is missing between 2. and SHALL


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		955

		2004.12.01

		CP 6.1.3.2.2

		Editorial: 


Bullet number #4 is occurring twice. Renumber.


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		956

		2004.12.01

		CP 6.1.3.2.2

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed



		957

		2004.12.01

		CP 6.1.3.2.2 bullet 5

		Technical: Bullet can be removed since the REFER is sent within a SIP dialog.


(OMA-POC-2004-1104)

		[2004.12.13]


AI: Ericsson to write contribution

JW: Fixed (previously agreed and assigned to editor)



		958

		2004.12.01

		CP 6.1.3.2.2 bullet 6

		Technical: 


Privacy is already sent in the initial INVITE (see earlier comment)


(OMA-POC-2004-1104)

		[2004.12.13]


Open



		1154

		2004.12.01

		CP 6.1.3.2.3

		What’s the difference between “session=pre-arranged” and “session=chat”?


Actually there is no different logic defined for pre-arranged and chat. 


Even more it could be a problem to have these two values e.g. What happens if URI together with session type is store done a UE and the owner changes the type?


We need just to differentiate between user and group URI. 


Propose to use simple “group” parameter instead (with no value).


(OMA-POC-2004-1106)

		[2004.12.13]

Also consider [1514]

AI: Siemens to write contribution



		1514

		2004.12.06

		CP 6.1.3.2.3

		Technical:


and include Session Type uri-parameter "session” set to “pre-arranged” or “chat”, respectively as defined in C.5.1 “Session Type uri-parameter”


Modify to:


and include Session Type uri-parameter "session=pre-arranged” or “session=chat”, respectively as defined in C.5.1 “Session Type uri-parameter”


(OMA-POC-2004-1118)

		[2004.12.13]


Covered in [1154]



		1515

		2004.12.06

		CP 6.1.3.2.3

		Technical:


4. SHALL include the "'method'" parameter with the value "INVITE" in the Refer-To header;


REFER defaults to INVITE if no Method URI Parameter is specified. Since we want the REFER to be as short as possible this is therefore redundant and unnecessary.


It is proposed to delete bullet 4. 


(OMA-POC-2004-1118)

		[2004.12.13]


Covered in other comments.



		2192

		2004.12.06

		CP 6.1.3.2.3

		Privacy header is missing.


Proposal:


Add (after appropriate renumbering):


“5a”: SHALL include value “id” in the Privacy header if anonymity is requested according to rules and procedures of [RFC3323] and [RFC3325];


(OMA-POC-2004-1138)

		[2004.12.13]


Privacy header and subsequent dialogue need further investigation. Open.



		2281

		2004.12.06

		CP 6.1.3.2.3

		Editorial:


To align with other similar instances and to follow the rule to start the line with condition (if it exists) replace the following:


“SHALL include a P-Alerting-Mode header with the value "MAO" according to the rules and procedures of  [draft-poc -p-headers] if the PoC User has requested Manual Answer Override.”


with the following:


“SHALL in case the PoC User has requested Manual Answer Override include in the SIP REFER request a P-Alerting-Mode header with the value "MAO" according to rules and procedures of  [draft-poc-p-headers];”


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2283

		2004.12.06

		CP 6.1.3.2.3

		Editorial:


Make the following changes in step 3:


“3. SHALL set the Refer-To header of the SIP REFER request to the URI of the Pre-arranged Group or Chat Group according to rules and procedures of [RFC3515] and include Session Type uri-parameter "session” set to “pre-arranged” or “chat”, respectively as specified in C.5.1 “Session Type uri-parameter”;”


To:


“3. SHALL set the Refer-To header of the SIP REFER request to the URI of the Pre-arranged PoC Group or Chat PoC Group according to rules and procedures of [RFC3515] and include Session Type uri-parameter set to “prearranged” or “chat”, respectively as specified in C.5.1 “Session Type uri-parameter”;”


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2284

		2004.12.06

		CP 6.1.3.2.3

		Editorial/Techical:


Make the following changes in step 7:


“7. SHALL send the SIP REFER request towards the SIP/IP Core within the dialog of the Pre-established Session according to rules and procedures of the SIP/IP Core.”


To:


“7. SHALL send the SIP REFER request towards the PoC Server within the SIP dialog of the Pre-established Session according to rules and procedures of the SIP/IP Core.”


(OMA-POC-2004-1141)

		[2004.12.13]


Rather editorial


AI: Editor to include this change

JW: Fixed



		2285

		2004.12.06

		CP 6.1.3.2.3

		Technical:


Add the following as a new step after the step 4:


“MAY include “norefersub” option tag in a Require header according to rules and procedures of draft-olson-sipping-refer-extensions-01;”


Add the mentioned Internet-Draft to the sub-clause 2.1 Normative References.


(OMA-POC-2004-1141)

		[2004.12.13]


Covered in other comments and contribution (by Lucent and Nokia)



		2287

		2004.12.06

		CP 6.1.3.2.3

		Technical:


Agreed CR 982R01 is not implemented correctly:


the paragraph “In addition to this …”  is not implemented


the last change (in reference) is not implemented


(OMA-POC-2004-1141)

		[2004.12.13]


Editor checks this issue and correct as proposed.

JW: TBD (check CR when next online)



		2310

		2004.12.07

		CP 6.1.3.2.3

		Technical


There is a requirement to include "norefersub".


3. SHALL set the Refer-To header of the SIP REFER request to the URI of the Pre-arranged Group or Chat Group according to rules and procedures of [RFC3515] and include Session Type uri-parameter "session” set to “pre-arranged” or “chat”, respectively as specified in C.5.1 “Session Type uri-parameter”; 


Add:


SHALL also include "norefersub" option-tag in the Require header field according to rules and procedures of [draft-multiple-refer].


(OMA-POC-2004-1139)

		[2004.12.13]


Comment to this comment: "norefersub" is optional parameter. It may/may not be included by the terminal.

If this change needed, contribution is needed to convince WG.


AI: Lucent to write contribution.



		2311

		2004.12.07

		CP 6.1.3.2.3

		Technical


NOTE:
The PoC Server does not send any SIP NOTIFY request in case more than one PoC User is invited. 


Remove:


Upon receiving an incoming SIP NOTIFY request that is part of the same dialog as the previously sent SIP REFER request the PoC Client SHALL handle the request according to rules and procedures of [RFC3515]. The PoC Client MAY display information to the PoC User based on the information in the SIP NOTIFY request


(OMA-POC-2004-1139)

		[2004.12.13]

Same comment as [2310]


AI: Lucent to write contribution.



		2313

		2004.12.07

		CP 6.1.3.2.3

		Technical


P-Alerting-Mode only applies to the prearranged case of this section, and can also assume the value of "auto" so that should be specified;  it isn't necessary to define MAO because the IETF specification does that.  


Change:


6. SHALL include a P-Alerting-Mode header with the value "MAO" according to the rules and procedures of  [draft-poc -p-headers] if the PoC User has requested Manual Answer Override; 


To:


6. SHALL, for the case of a pre-arranged group, include a P-Alerting-Mode header with the value "MAO" or "Auto" or "Manual" according to the rules and procedures of  [draft-poc -p-headers].; 


(OMA-POC-2004-1139)

		[2004.12.13]


AI: Lucent to write contribution.



		237 (235)

		2004.11.30

		CP 6.1.3.2.3

		Delete Bullet 5 including Accept Contact


(OMA-POC-2004-1091)

		[2004.12.01]


Valid comment.


Same as [234]


AI: correction assigned to CP Editor JW: Fixed



		2424

		2004.12.07

		CP 6.1.3.2.3

		Technical:


Align the paragraph “Upon receiving an incoming SIP NOTIFY …” with the model in 6.1.6.2.


(OMA-POC-2004-1142)

		[2004.12.13]


Agreed


AI: Editor to include this change

JW: Fixed



		264 (261)

		2004.11.30

		CP 6.1.3.2.3

		Technical:


Add privacy request:


- SHALL include value “id” in the Privacy header if anonymity is requested according to rules and procedures of [RFC3323] and [RFC3325];


(OMA-POC-2004-1093)

		[2004.12.03]


Valid comment.


AI: CP Editor to adopt this proposal.


JW: Fixed (added as new bullet 6)



		959

		2004.12.01

		CP 6.1.3.2.3

		Editorial: 


Bullet #3: Pre-arranged Group or Chat Group change to Pre-arranged PoC Group or Chat PoC Group 


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		960

		2004.12.01

		CP 6.1.3.2.3 bullet 3

		Editorial: 


Technical: How does the PoC Client now if a SIP URI identifies a Chat or a pre-arranged group?


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed previously



		961

		2004.12.01

		CP 6.1.3.2.3 bullet 5

		Technical: Bullet can be removed since the REFER is sent within a SIP dialog.


(OMA-POC-2004-1104)

		[2004.12.13]


Meant bullet 5

AI: Editor to include this change

JW: Fixed previously



		2282

		2004.12.06

		CP 6.1.3.2.3

		Technical:


Add the following as a new paragraph before the last paragraph:


“In addition to this, the PoC Client MAY subscribe to the Conference State Event Package as specified in subclause 6.1.10 "PoC Client subscription to the Conference State Event Package".”


(OMA-POC-2004-1141)

		[2004.12.13]

Chapter number corrected (old 6.1.3.2.2).


AI: Editor to include this change

JW: Fixed



		1516

		2004.12.06

		CP 6.1.3.2.4

		Technical


Upon receiving a request from a PoC User to leave a Pre-established Session as created in subclause 6.1.3.2.1"PoC Client initiates a Pre-established Session",  the PoC Client:


Is releasing a Pre-established session only specifically requested by the PoC User?


Modify to 


When a PoC Client needs to release a Pre-established Session as created in subclause 6.1.3.2.1"PoC Client initiates a Pre-established Session",  the PoC Client:


(OMA-POC-2004-1118)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed



		2193

		2004.12.06

		CP 6.1.3.2.4

		Privacy header is missing.


Rationale: “Privacy:id” acc. to [RFC3325] has the own purpose to ask the network to remove a network-supplied P-Asserted-Identity header before passing the message to an untrusted element. Network elements can add P-Asserted-Identity headers also to the BYE (see RFC3325), so a client wishing privacy must explicitly ask for removal also in this case. 


Proposal:


Add (after renumbering):


“4a”: SHALL include value “id” in the Privacy header if anonymity is requested according to rules and procedures of [RFC3323] and [RFC3325];


(OMA-POC-2004-1138)

		JW: Has this been agreed? If a new bullet is proably better, as in 6.1.3.2.3.



		238 (236)

		2004.11.30

		CP 6.1.3.2.4

		Delete Bullet 4 including Accept Contact


(OMA-POC-2004-1091)

		[2004.12.01]


Valid comment.


Same as [234]


AI: correction assigned to CP Editor JW: Fixed



		962

		2004.12.01

		CP 6.1.3.2.4

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		[2004.12.13]


AI: Editor to include this change

JW: Fixed



		963

		2004.12.01

		CP 6.1.3.2.4 bullet 4

		Technical: 


Bullet can be removed since the REFER is sent within a SIP dialog.


(OMA-POC-2004-1104)

		JW: Fixed



		1468

		2004.12.06

		CP 6.1.3.3

		Editorial:


The title should be reworded for clarity.  Suggest “Establishment of an On-demand PoC Session”.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		177 (177)

		2004.11.29

		CP 6.1.3.3

		Technical:


Need to resolve Editor's Note on question of whether session parameter is used or not for On-demand sessions.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


Most opinion was that URI parameter was not needed, hence Editor's note could be removed.


AI: contribution assigned to Nokia to indicate the need for URI parameter



		964

		2004.12.01

		CP 6.1.3.3

		Technical: 


Editor's note can be removed since the PoC Server does not have to distinguish between different types of SIP URI as required for pre-established sessions. See also next comment.


(OMA-POC-2004-1104)

		JW: Has this been agreed?



		1155

		2004.12.01

		CP 6.1.3.3.1

		Editorial:


Bullet (5): add "s" after list as 


a MIME resource-lists body


(OMA-POC-2004-1106)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1469

		2004.12.06

		CP 6.1.3.3.1

		Editorial:


Paragraph starting with “On receiving a SIP 200 "OK" response…”, suggest appending the word “and” after the first sub-bullet.  Text would read “- 1. SHALL store the content of the received Contact header as the PoC Session Identity, and,”.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1517

		2004.12.06

		CP 6.1.3.3.1

		Editorial


b) Set the supported codecs of the PoC Client


Modify to


b) Include the set of codecs supported by the PoC Client for the PoC service


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1518

		2004.12.06

		CP 6.1.3.3.1

		Technical:


d) Set the offered Talk Burst Control Protocol and the port number(s) for the Talk Burst Control Protocol


Talk Burst parameters missing


Modify to: 


d) The offered Talk Burst Control Protocol, Talk Burst Parameters and the port number(s) for the Talk Burst Control Protocol.


(OMA-POC-2004-1118)

		JW: Fixed (previously agreed text)



		1519

		2004.12.06

		CP 6.1.3.3.1

		Technical


On receiving a SIP 180 "Ringing" response to the SIP INVITE request the PoC Client MAY indicate the progress of the PoC Session establishment to the Inviting PoC User.


The Allow header is not handled in the 180 ringing. Either handle here or in 6.1.3.1


(OMA-POC-2004-1118)

		



		1977

		2004.12.06

		CP 6.1.3.3.1

		Technical:


Not consistent with the IETF Internet draft [draft-URI-list]. According to the [draft-URI-list] the PoC Server sends 200 OK before it has received a response from any invited Client/User. Thus receiving 180 before 200 OK is not consistent with the draft.


(OMA-POC-2004-1132)

		



		2267

		2004.12.06

		CP 6.1.3.3.1

		Technical:


Because there may be other media parameters, make the following changes in step b:


“b)   set the supported codecs of the PoC Client”


To:


“b)   set the supported codecs and other media parameters of the PoC Client”


(OMA-POC-2004-1141)

		



		2271

		2004.12.06

		CP 6.1.3.3.1

		Technical:


Because several protocols may be offered, make the following changes in step d:


“d) set the offered Talk Burst Control Protocol and the port number(s) for the Talk Burst Control Protocol”


To:


“d) set the offered Talk Burst Control Protocols and the port numbers for the Talk Burst Control Protocol”


(OMA-POC-2004-1141)

		



		2288

		2004.12.06

		CP 6.1.3.3.1

		Editorial:


Align with other similar instances:


“5. SHALL insert in the SIP INVITE request a MIME resource-list body with the PoC Address(es) of the Invited PoC User(s) as described in [draft-URI-list];”


To:


“5. SHALL insert in the SIP INVITE request a MIME resource-lists body with the PoC Address(es) of the Invited PoC User(s) according to rules and procedures of [draft-URI-list];”


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2314

		2004.12.07

		CP 6.1.3.3.1

		Technical


P-Alerting-Mode can also assume the values of "auto" or "manual", so that should be specified;  it isn't necessary to define MAO because the IETF specification does that. 


6. SHALLinclude a P-Alerting-Mode header with the value "MAO" according to the rules and procedures of  [draft-poc -p-headers]


Remove:


if the PoC User has requested Manual Answer Override


(OMA-POC-2004-1139)

		



		265 (262)

		2004.11.30

		CP 6.1.3.3.1

		Editorial:


Align the font in the first sentence (on words “the PoC Client:”).


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		266 (263)

		2004.11.30

		CP 6.1.3.3.1

		Technical:


Add privacy request:


- SHALL include value “id” in the Privacy header if anonymity is requested according to rules and procedures of [RFC3323] and [RFC3325];


(OMA-POC-2004-1093)

		[2004.12.03]


Comment withdrawn because this comment is already covered in general.



		965

		2004.12.01

		CP 6.1.3.3.1

		Editorial: 


First sentence last three words (the PoC Client) have wrong font, change to times new roman


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		966

		2004.12.01

		CP 6.1.3.3.1

		Technical: 


Change: IP address and port number for the RTCP Session at the PoC Client  to: IP address and port number to be used for RTCP at the PoC Client 


(OMA-POC-2004-1104)

		JW: Fixed previously agreed text



		967

		2004.12.01

		CP 6.1.3.3.1

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		JW: Fixed



		1520

		2004.12.06

		CP 6.1.3.3.2

		Editorial


b) Set the supported codecs of the PoC Client


Modify to


b) Include the set of codecs supported by the PoC Client for the PoC service


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1521

		2004.12.06

		CP 6.1.3.3.2

		Technical:


d) Set the offered Talk Burst Control Protocol and the port number(s) for the Talk Burst Control Protocol


Talk Burst parameters missing


Modify to: 


d) The offered Talk Burst Control Protocol, Talk Burst Parameters and the port number(s) for the Talk Burst Control Protocol.


(OMA-POC-2004-1118)

		JW: Fixed (previously agreed text)



		2268

		2004.12.06

		CP 6.1.3.3.2

		Technical:


Because there may be other media parameters, make the following changes in step b:


“b)   set the supported codecs of the PoC Client”


To:


“b)   set the supported codecs and other media parameters of the PoC Client”


(OMA-POC-2004-1141)

		



		2272

		2004.12.06

		CP 6.1.3.3.2

		Technical:


Because several protocols may be offered, make the following changes in step d:


“d) set the offered Talk Burst Control Protocol and the port number(s) for the Talk Burst Control Protocol”


To:


“d) set the offered Talk Burst Control Protocols and the port numbers for the Talk Burst Control Protocol”


(OMA-POC-2004-1141)

		



		2289

		2004.12.06

		CP 6.1.3.3.2

		Editorial:


“identifying the  Pre-arranged”


Remove space after ‘the’.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2290

		2004.12.06

		CP 6.1.3.3.2

		Editorial:


To clarify:


“3. SHALL include a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] as follows:”


To:


“3. SHALL include in the SIP INVITE request a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] as follows:”


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2292

		2004.12.06

		CP 6.1.3.3.2

		Editorial:


To align with other similar instances and to follow the rule to start the line with condition (if it exists) replace the following:


“SHALL include a P-Alerting-Mode header with the value "MAO" according to the rules and procedures of  [draft-poc-p-headers] if the PoC User has requested Manual Answer Overide.”


with the following:


“SHALL in case the PoC User has requested Manual Answer Override include in the SIP INVITE request a P-Alerting-Mode header with the value "MAO" according to rules and procedures of  [draft-poc-p-headers];”


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor 


JW: Fixed



		2293

		2004.12.06

		CP 6.1.3.3.2

		Technical:


“1. SHALL store the content of the received Contact header as the PoC Session Identity; and,”


This is wrong in case Participating PoC Server acts as B2BUA, because only the Participating PoC Server can resolve it to the PoC Session Identity of the Pre-arranged/Chat PoC Group.


(OMA-POC-2004-1141)

		



		2315

		2004.12.07

		CP 6.1.3.3.2

		Technical


P-Alerting-Mode can also assume the values of "auto" or "manual", so that should be specified;  it isn't necessary to define MAO because the IETF specification does that.    


Change:


4. SHALL include a P-Alerting-Mode header with the value "MAO" according to the rules and procedures of  [draft-poc -p-headers] if the PoC User has requested Manual Answer Override;  


To:


4. SHALL include a P-Alerting-Mode header with the value "MAO" or "Auto" or "Manual" according to the rules and procedures of  [draft-poc -p-headers].;  


(OMA-POC-2004-1139)

		



		267 (264)

		2004.11.30

		CP 6.1.3.3.2

		Technical:


Add Session type uri parameter.


(OMA-POC-2004-1093)

		[2004.12.03]


Validity questioned.


AI: Nokia to study this issue.



		268 (265)

		2004.11.30

		CP 6.1.3.3.2

		Technical:


Add privacy request:


- SHALL include value “id” in the Privacy header if anonymity is requested according to rules and procedures of [RFC3323] and [RFC3325];


(OMA-POC-2004-1093)

		[2004.12.03]


Comment withdrawn because this comment is already covered in general.



		968

		2004.12.01

		CP 6.1.3.3.2

		Technical: 


Change: IP address and port number for the RTCP Session at the PoC Client  to: IP address and port number to be used for RTCP at the PoC Client 


(OMA-POC-2004-1104)

		



		969

		2004.12.01

		CP 6.1.3.3.2

		Technical: 


This 2 chapters can be one chapter (in the same way as for the pre-established session). The merge can be motivated by the fact that the PoC Client do not have to see any difference between a pre-arranged or chat group and will follow the same procedure anyway. The 6.1.3.3.2 shall be renamed to "6.1.3.2.3 PoC Client initiates a Pre-arranged or Chat PoC Group Session" the chapter 6.1.3.3.3 can be deleted.


(OMA-POC-2004-1104)

		



		1522

		2004.12.06

		CP 6.1.3.3.3

		Editorial


b) Set the supported codecs of the PoC Client


Modify to


b) Include the set of codecs supported by the PoC Client for the PoC service


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1523

		2004.12.06

		CP 6.1.3.3.3

		Technical:


d) Set the offered Talk Burst Control Protocol and the port number(s) for the Talk Burst Control Protocol


Talk Burst parameters missing


Modify to: 


d) The offered Talk Burst Control Protocol, Talk Burst Parameters and the port number(s) for the Talk Burst Control Protocol.


(OMA-POC-2004-1118)

		JW: Fixed (previously agreed text)



		2269

		2004.12.06

		CP 6.1.3.3.3

		Technical:


Because there may be other media parameters, make the following changes in step b:


“b)   set the supported codecs of the PoC Client”


To:


“b)   set the supported codecs and other media parameters of the PoC Client”


(OMA-POC-2004-1141)

		



		2273

		2004.12.06

		CP 6.1.3.3.3

		Technical:


Because several protocols may be offered, make the following changes in step d:


“d) set the offered Talk Burst Control Protocol and the port number(s) for the Talk Burst Control Protocol”


To:


“d) set the offered Talk Burst Control Protocols and the port numbers for the Talk Burst Control Protocol”


(OMA-POC-2004-1141)

		



		2291

		2004.12.06

		CP 6.1.3.3.3

		Editorial:


To clarify:


“3. SHALL include a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] as follows:”


To:


“3. SHALL include in the SIP INVITE request a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] as follows:”


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2294

		2004.12.06

		CP 6.1.3.3.3

		Technical:


“1. SHALL store the content of the received Contact header as the PoC Session Identity; and,”


This is wrong in case Participating PoC Server acts as B2BUA, because only the Participating PoC Server can resolve it to the PoC Session Identity of the Pre-arranged/Chat PoC Group.


(OMA-POC-2004-1141)

		



		2295

		2004.12.06

		CP 6.1.3.3.3

		Technical/Editorial:


Step 3c is not aligned with other similar instances. What is the correct version?


(OMA-POC-2004-1141)

		JW: Fixed (aligned with previously agreed text)



		269 (266)

		2004.11.30

		CP 6.1.3.3.3

		Technical:


Add Session type uri parameter.


(OMA-POC-2004-1093)

		[2004.12.03]


Validity questioned.


AI: Nokia to study this issue.



		270 (267)

		2004.11.30

		CP 6.1.3.3.3

		Technical:


Add privacy request:


- SHALL include value “id” in the Privacy header if anonymity is requested according to rules and procedures of [RFC3323] and [RFC3325];


(OMA-POC-2004-1093)

		[2004.12.03]


Comment withdrawn because this comment is already covered in general.



		970

		2004.12.01

		CP 6.1.3.3.3

		Technical: 


This 2 chapters can be one chapter (in the same way as for the pre-established session). The merge can be motivated by the fact that the PoC Client do not have to see any difference between a pre-arranged or chat group and will follow the same procedure anyway. The 6.1.3.3.2 shall be renamed to "6.1.3.2.3 PoC Client initiates a Pre-arranged or Chat PoC Group Session" the chapter 6.1.3.3.3 can be deleted.


(OMA-POC-2004-1104)

		



		971

		2004.12.01

		CP 6.1.3.3.3

		Technical:


Change: IP address and port number for the RTCP Session at the PoC Client  to: IP address and port number to be used for RTCP at the PoC Client 


(OMA-POC-2004-1104)

		



		1524

		2004.12.06

		CP 6.1.4.1

		Technical


Why do we mandate the User-Agent header here?


The User-Agent information can be learned from the initial request and response. If we are going to mandate it here then why don’t we mandate for all subsequent requests?


(OMA-POC-2004-1118)

		



		972

		2004.12.01

		CP 6.1.4.1

		Technical: 


Why is a PoC Release version needed in a SIP request sent within an existing session? The PoC Server can store the PoC Release version received in the SIP INVITE.


(OMA-POC-2004-1104)

		



		973

		2004.12.01

		CP 6.1.4.1

		Editorial:


Reference have wrong syntax [RFC 3311] change to [RFC3311]


(OMA-POC-2004-1104)

		JW: Fixed



		1449

		2004.12.06

		CP 6.1.4.2

		Technical:


Add step to set URI to PoC Session Identity.  Suggest adding a new step worded as follows: “SHALL set the Request-URI of the SIP UPDATE request to the PoC Session Identity of the PoC session”.


(OMA-POC-2004-1116)

		



		1525

		2004.12.06

		CP 6.1.4.2

		Editorial


Should be SDP not sdp


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2296

		2004.12.06

		CP 6.1.4.2

		Technical/Editorial:


To clarify make change:


“When the PoC Client wants to set a media component on hold the PoC Client:”


To:


“When the PoC Client sets a media component on hold the PoC Client:”


(OMA-POC-2004-1141)

		JW: Was this change agreed?



		2297

		2004.12.06

		CP 6.1.4.2

		Editorial:


To clarify make change:


“SHALL include a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] with the modified capabilities.”


To:


“SHALL include in the SIP request a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] with the modified capabilities.”


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2300

		2004.12.06

		CP 6.1.4.2

		Editorial:


“SIP/IP core”


“If a SIP 200 "OK" response is not received the PoC Client shall continue to use the previously agreed media capabilities.”


To:


“SIP/IP Core”


“If a SIP 200 "OK" response is not received the PoC Client SHALL continue to use the previously agreed media capabilities.”


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		271 (268)

		2004.11.30

		CP 6.1.4.2

		Editorial:


In the second paragraph change 


“When PoC Client wants …” 


to 


“When PoC User wants …”


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		275 (272)

		2004.11.30

		CP 6.1.4.2

		Editorial:


Change in the bullet 4 “request” to “SIP request”.


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		974

		2004.12.01

		CP 6.1.4.2

		 is this optional procedure? In the ETR, section 5.1.1.3 [1], Session on hold is mandatory.


(OMA-POC-2004-1104)

		



		975

		2004.12.01

		CP 6.1.4.2

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		JW: Fixed



		976

		2004.12.01

		CP 6.1.4.2

		Editorial:


MIME sdp body change to MIME SDP body


(OMA-POC-2004-1104)

		JW: Fixed



		1450

		2004.12.06

		CP 6.1.4.3

		Technical:


Add step to set URI to PoC Session Identity.  Suggest adding a new step worded as follows: “SHALL set the Request-URI of the SIP UPDATE request to the PoC Session Identity of the PoC session”.


(OMA-POC-2004-1116)

		



		2298

		2004.12.06

		CP 6.1.4.3

		Editorial:


To clarify make change:


“SHALL include a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] with the modified capabilities.”


To:


“SHALL include in the SIP request a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] with the modified capabilities.”


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2301

		2004.12.06

		CP 6.1.4.3

		Editorial:


“SIP/IP core”


“If a SIP 200 "OK" response is not received the PoC Client shall continue to use the previously agreed media capabilities.”


To:


“SIP/IP Core”


“If a SIP 200 "OK" response is not received the PoC Client SHALL continue to use the previously agreed media capabilities.”


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2303

		2004.12.06

		CP 6.1.4.3

		Technical/Editorial:


To clarify make change:


“When the PoC Client wants to activate a media component, the PoC Client:”


To:


“When the PoC Client activates a media component, the PoC Client:”


(OMA-POC-2004-1141)

		



		2304

		2004.12.06

		CP 6.1.4.3

		Editorial:


“procedures of   [TS24.229] / [3GPP2 X.S0013.4]”


Remove two space after ‘of’.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		272 (269)

		2004.11.30

		CP 6.1.4.3

		Editorial:


Change in the bullet 4 “request” to “SIP request”.


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		273 (270)

		2004.11.30

		CP 6.1.4.3

		Editorial:


In the second paragraph change 


“When PoC Client wants …” 


to 


“When PoC User wants …”


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		274 (271)

		2004.11.30

		CP 6.1.4.3

		Editorial:


Change in the bullet 3 “a=sendrecv “ to “a=sendrecv”. (Remove space).


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		977

		2004.12.01

		CP 6.1.4.3

		Editorial: 


If a SIP 200 "OK" response is not received the PoC Client shall continue -> If a SIP 200 "OK" response is not received the PoC Client SHALL continue


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		978

		2004.12.01

		CP 6.1.4.3

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		JW: Fixed



		979

		2004.12.01

		CP 6.1.4.3

		second paragraph after bullet list: normative text written using informative style. Change shall to  SHALL


(OMA-POC-2004-1104)

		JW: Fixed



		1526

		2004.12.06

		CP 6.1.4.4

		Technical


2. SHALL set the Request-URI of the request to the PoC Session Identity;


The User Plane Adaption is part of an existing dialog therefore RFC 3251 dictates that the Request URI must be set to the contact received in the 200 OK response that created the dialog.


Delete bullet 2.


(OMA-POC-2004-1118)

		



		2299

		2004.12.06

		CP 6.1.4.4

		Editorial:


To clarify make change:


“SHALL include a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] with the modified capabilities.”


To:


“SHALL include in the SIP request a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] with the modified capabilities.”


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2302

		2004.12.06

		CP 6.1.4.4

		Editorial:


“SIP/IP core”


“If a SIP 200 "OK" response is not received the PoC Client shall continue to use the previously agreed media capabilities.”


To:


“SIP/IP Core”


“If a SIP 200 "OK" response is not received the PoC Client SHALL continue to use the previously agreed media capabilities.”


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		276 (273)

		2004.11.30

		CP 6.1.4.4

		Editorial:


Change in the bullet 4 “request” to “SIP request”.


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		980

		2004.12.01

		CP 6.1.4.4

		Editorial: 


with the modified capabilities -> with the modified Media Parameters (occurs 3 times in the subclause)


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		981

		2004.12.01

		CP 6.1.4.4

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		JW: Fixed



		2305

		2004.12.06

		CP 6.1.4.5

		Technical:


To align with other sub-clause of 6.1.4, make the changes:


“1. SHALL generate either a SIP UPDATE request or a SIP re-INVITE request. A SIP UPDATE request MAY be used only if the PoC Server has indicated support for the SIP UPDATE method;”


To:


“1. SHALL generate either a SIP UPDATE request or a SIP re-INVITE request as specified in subclause 6.1.4.1 "General".”


(OMA-POC-2004-1141)

		



		239 (237)

		2004.11.30

		CP 6.1.4.5

		Aligning SHOULD and SHALL:


“SHALL include the Session-Expires header …”


(OMA-POC-2004-1091)

		[2004.12.01]


This sentence contains various scenario, which can not be unified with SHALL. Response is SHALL and forward is SHOULD. The comment rejected. -- Commentator accepted.



		1527

		2004.12.06

		CP 6.1.5.1

		Editorial


b) Set the supported codecs of the PoC Client


Modify to


b) Include the set of codecs supported by the PoC Client for the PoC service


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1528

		2004.12.06

		CP 6.1.5.1

		Technical:


d) Set the offered Talk Burst Control Protocol and the port number(s) for the Talk Burst Control Protocol


Talk Burst parameters missing


Modify to: 


d) The offered Talk Burst Control Protocol, Talk Burst Parameters and the port number(s) for the Talk Burst Control Protocol.


(OMA-POC-2004-1118)

		



		2409

		2004.12.07

		CP 6.1.5.1

		Technical:


Because there may be other media parameters, make the following changes in step b:


Change:


“b)   set the supported codecs of the PoC Client”


To:


“b)   set the supported codecs and other media parameters of the PoC Client”


(OMA-POC-2004-1142)

		



		2410

		2004.12.07

		CP 6.1.5.1

		Technical:


Because several protocols may be offered, make the following changes in step d:


Change:


“d) set the offered Talk Burst Control Protocol and the port number(s) for the Talk Burst Control Protocol”


To:


“d) set the offered Talk Burst Control Protocols and the port numbers for the Talk Burst Control Protocol”


(OMA-POC-2004-1142)

		



		2411

		2004.12.07

		CP 6.1.5.1

		Technical/Editorial:


Step 3c is not aligned with other similar instances (e.g. in 6.1.3.2.1). What is the correct version?


(OMA-POC-2004-1142)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		277 (274)

		2004.11.30

		CP 6.1.5.1

		Editorial:


Align font in the first sentence. 


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		278 (275)

		2004.11.30

		CP 6.1.5.1

		Technical:


Add Session type uri parameter.


(OMA-POC-2004-1093)

		[2004.12.03]


Validity questioned.


AI: Nokia to study this issue.



		279 (276)

		2004.11.30

		CP 6.1.5.1

		Technical:


Add privacy request:


- SHALL include value “id” in the Privacy header if anonymity is requested according to rules and procedures of [RFC3323] and [RFC3325];


(OMA-POC-2004-1093)

		[2004.12.03]


"id" is always sent. Comment is not valid. -- Commentator accepted.



		982

		2004.12.01

		CP 6.1.5.1

		Editorial:


First sentence last three words (the PoC Client) have wrong font, change to times new roman


(OMA-POC-2004-1104)

		JW: Fixed



		983

		2004.12.01

		CP 6.1.5.1

		Technical:


Change: IP address and port number for the RTCP Session at the PoC Client  to: IP address and port number to be used for RTCP at the PoC Client 


(OMA-POC-2004-1104)

		JW: Fixed



		1156

		2004.12.01

		CP 6.1.5.2

		The session type is not needed, just a differentiation between users and groups is needed.


(OMA-POC-2004-1106)

		



		1529

		2004.12.06

		CP 6.1.5.2

		Technical:


4. SHALL include the "'method'" parameter with the value "INVITE" in the Refer-To header;


REFER defaults to INVITE if no Method URI Parameter is specified. Since we want the REFER to be as short as possible this is therefore redundant and unnecessary.


It is proposed to delete bullet 4. 


.


(OMA-POC-2004-1118)

		



		1530

		2004.12.06

		CP 6.1.5.2

		Technical:


3. SHALL set the Refer-To header of the SIP REFER request to the PoC Session Identity to be re-joined with including the Session Type uri-parameter indicating the session type e.g. “pre-arranged”, “chat” or “ad-hoc” as defined in C.X.1 “Session Type uri-parameter”; 


SHALL set the Refer-To header of the SIP REFER request to the PoC Session Identity to be re-joined with including the Session Type uri-parameter "session=pre-arranged" or  “session=chat", respectively as defined in C.5.1 “Session Type uri-parameter”


(OMA-POC-2004-1118)

		



		1531

		2004.12.06

		CP 6.1.5.2

		Technical:


Upon receiving an incoming SIP NOTIFY request that is part of the same SIP dialog as the previously sent SIP REFER request the PoC Client SHALL handle the request according to rules and procedures of [RFC3515]. 


Need to add reference to RFC 3265 here


(OMA-POC-2004-1118)

		



		1532

		2004.12.06

		CP 6.1.5.2

		Technical


Upon receiving a SIP 2xx response to the SIP REFER request


Shouldn’t this be a 202 Accepted?


(OMA-POC-2004-1118)

		



		2194

		2004.12.06

		CP 6.1.5.2

		Privacy header is missing.


Proposal:


Add (after appropriate renumbering):


“5a”: SHALL include value “id” in the Privacy header if anonymity is requested according to rules and procedures of [RFC3323] and [RFC3325];


(OMA-POC-2004-1138)

		



		2316

		2004.12.07

		CP 6.1.5.2

		 Technical


Add no refersub and delete the NOTIFY text


Add:


6. SHALL include the "norefersub" option-tag in the Require header field according to the rules and procedures of [draft-multiple-refer].


Change 6 to 7:


7. SHALL send the SIP REFER request towards the PoC Server via SIP/IP Core within the SIP dialog of the Pre-established Session according to the procedures of the SIP/IP core.


Remove:


Upon receiving a SIP 2xx response to the SIP REFER request the PoC Client SHALL interact with User Plane as specified in the [OMA-POC-UP] “PoC Client procedures at PoC Session initialization”.  


(OMA-POC-2004-1139)

		



		240 (238)

		2004.11.30

		CP 6.1.5.2

		Delete Bullet 5 including Accept Contact


(OMA-POC-2004-1091)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2412

		2004.12.07

		CP 6.1.5.2

		Technical:


Add the following as a new step after the step 4:


Add:


“MAY include “norefersub” option tag in a Require header according to rules and procedures of draft-olson-sipping-refer-extensions-01;”


Add the mentioned Internet-Draft to the sub-clause 2.1 Normative References.


(OMA-POC-2004-1142)

		



		2415

		2004.12.07

		CP 6.1.5.2

		Technical:


It should be possible to subscribe participant information also in Pre-established session.


Add the following as a new paragraph before the last paragraph:


“In addition to this, the PoC Client MAY subscribe to the Conference State Event Package as specified in subclause 6.1.10 "PoC Client subscription to the Conference State Event Package".”


(OMA-POC-2004-1142)

		



		2416

		2004.12.07

		CP 6.1.5.2

		Editorial:


Change:


“6. SHALL send the SIP REFER request towards the PoC Server via SIP/IP Core within the SIP dialog of the Pre-established Session according to the procedures of the SIP/IP core.”


To:


“6. SHALL send the SIP REFER request towards the PoC Server via SIP/IP Core within the SIP dialog of the Pre-established Session according to rules and procedures of the SIP/IP core.”


(OMA-POC-2004-1142)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2417

		2004.12.07

		CP 6.1.5.2

		Technical:


In the third last paragraph, should the response code be 2xx or 202. In similar situation of 6.1.3.2.2 response 202 is sent. Which one should be used? According to RFC3515 at least both 200 and 202 seems to be possible. So 2xx might be the correct.


(OMA-POC-2004-1142)

		



		2419

		2004.12.07

		CP 6.1.5.2

		Editorial:


Change:


“When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of in [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.”


To:


“When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.”


(OMA-POC-2004-1142)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2425

		2004.12.07

		CP 6.1.5.2

		Technical:


Align the paragraph “Upon receiving an incoming SIP NOTIFY …” with the model in 6.1.6.2.


(OMA-POC-2004-1142)

		



		280 (277)

		2004.11.30

		CP 6.1.5.2

		Editorial:


Correct the subclause number in the reference to 6.1.3.2.1.


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		281 (278)

		2004.11.30

		CP 6.1.5.2

		Editorial:


Correct the reference to C.5.1.


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		282 (279)

		2004.11.30

		CP 6.1.5.2

		Technical:


Add privacy request:


- SHALL include value “id” in the Privacy header if anonymity is requested according to rules and procedures of [RFC3323] and [RFC3325];


(OMA-POC-2004-1093)

		[2004.12.03]


Valid comment.


AI: CP Editor to adopt this proposal.


JW: Fixed (added as new bullet 5)



		984

		2004.12.01

		CP 6.1.5.2

		Editorial: 


Update reference C.X.1


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		985

		2004.12.01

		CP 6.1.5.2

		Technical: 


The bullet 5 can be removed since the REFER is sent within an existing SIP dialog


(OMA-POC-2004-1104)

		JW: Fixed



		986

		2004.12.01

		CP 6.1.5.2

		Technical: 


When rejoining an on-demand session the PoC Client MAY subscribe to the conference state package. Should be the same when rejoining a pre-establsihed session


(OMA-POC-2004-1104)

		



		987

		2004.12.01

		CP 6.1.5.2

		Bullet 3: as defined in C.X.1 --> change to propoer clause


(OMA-POC-2004-1104)

		JW: Fixed



		988

		2004.12.01

		CP 6.1.5.2

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		JW: Fixed



		1533

		2004.12.06

		CP 6.1.6.1

		Technical


3. SHALL set the Request-URI to the PoC Session Identity of the PoC Session to leave.


BYE is part of a dialog so the Request URI should be the contact received during the creation of the dialog


Delete this bullet


(OMA-POC-2004-1118)

		



		2195

		2004.12.06

		CP 6.1.6.1

		Privacy header is missing. 


Rationale: “Privacy:id” acc. to [RFC3325] has the own purpose to ask the network to remove a network-supplied P-Asserted-Identity header before passing the message to an untrusted element. Network elements can add P-Asserted-Identity headers also to the BYE (see RFC3325), so a client wishing privacy must explicitly ask for removal also in this case. 


Proposal:


Add (after appropriate renumbering):


“3a”: SHALL include value “id” in the Privacy header if anonymity is requested according to rules and procedures of [RFC3323] and [RFC3325];


(OMA-POC-2004-1138)

		



		283 (280)

		2004.11.30

		CP 6.1.6.1

		Editorial:


Change the reference “On-demand Session establishment” to “Establishing of an On-demand Session”.


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed (with previously agreed text)



		284 (281)

		2004.11.30

		CP 6.1.6.1

		Editorial:


Change in the first bullet “Talk Burst request” to “Talk Burst Request”. 


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		989

		2004.12.01

		CP 6.1.6.1

		Technical: 


First paragraph makes a reference to 6.1.3.3 a reference to 6.1.5.1 (rejoin case) shall be added. 


(OMA-POC-2004-1104)

		



		990

		2004.12.01

		CP 6.1.6.1

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		JW: Fixed



		1534

		2004.12.06

		CP 6.1.6.2

		Technical:


Upon receiving an incoming SIP NOTIFY request that is part of the same dialog as the previously sent SIP REFER request the PoC Client:


1. SHALL handle the request according to rules and procedures of [RFC3515];


Need to add reference to RFC 3265 here


(OMA-POC-2004-1118)

		JW: Fixed (previously agreed)



		1535

		2004.12.06

		CP 6.1.6.2

		Technical


Is the REFER sent within the Pre-established Session dialog. It doesn’t clearly state that it is


(OMA-POC-2004-1118)

		



		2196

		2004.12.06

		CP 6.1.6.2

		Privacy is missing.


Proposal:


Add (after appropriate renumbering):


“5a”: SHALL include value “id” in the Privacy header if anonymity is requested according to rules and procedures of [RFC3323] and [RFC3325];


(OMA-POC-2004-1138)

		JW: Fixed



		241 (239)

		2004.11.30

		CP 6.1.6.2

		Delete Bullet 5 including Accept Contact


(OMA-POC-2004-1091)

		[2004.12.01]


Valid comment.


Delete 5, copy 6 in 6.1.5.2 to this clause.


AI: correction assigned to CP Editor


JW: Fixed (bullet 6 text corrected)



		2413

		2004.12.07

		CP 6.1.6.2

		Technical:


Add the following as a new step after the step 4:


Add:


“MAY include “norefersub” option tag in a Require header according to rules and procedures of draft-olson-sipping-refer-extensions-01;”


Add the mentioned Internet-Draft to the sub-clause 2.1 Normative References.


(OMA-POC-2004-1142)

		



		2420

		2004.12.07

		CP 6.1.6.2

		Technical/Editorial:


To align with other similar instances, make the changes:


“2. SHALL set the Request-URI of the SIP REFER request to the PoC Session Identity of the Pre-established Session;”


(OMA-POC-2004-1142)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2421

		2004.12.07

		CP 6.1.6.2

		Technical:


Replace the step 


“SHALL send the SIP REFER request ….”


with the following:


“SHALL send the SIP REFER request towards the PoC Server within the SIP dialog of the Pre-established Session according to rules and procedures of the SIP/IP core.”


(OMA-POC-2004-1142)

		



		2422

		2004.12.07

		CP 6.1.6.2

		Technical:


Align the paragraph “Upon receiving an incoming SIP NOTIFY …” with the model in 6.1.6.2.


(OMA-POC-2004-1142)

		



		285 (282)

		2004.11.30

		CP 6.1.6.2

		Editorial:


Change the first sentence 


“Upon receiving a request to leave …”


to


“Upon receiving a request from a PoC User to leave …”


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		991

		2004.12.01

		CP 6.1.6.2

		Technical: 


Pre-established Session Identity is an undefined expression.


(OMA-POC-2004-1104)

		JW: Fixed (changed to PoC Session Identity of Pre-established Session)



		992

		2004.12.01

		CP 6.1.6.2

		Technical: 


The bullet 5 can be removed since the REFER is sent within an existing SIP dialog


(OMA-POC-2004-1104)

		JW: Fixed



		1157

		2004.12.01

		CP 6.1.7

		Editorial:


Bullet (4b):add "s" after list as 


a MIME resource-lists body


(OMA-POC-2004-1106)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1470

		2004.12.06

		CP 6.1.7

		Editorial:


Bullet 3.  Add commas as follows: “SHALL, if only one PoC User is invited, set the Refer-To header…”.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1536

		2004.12.06

		CP 6.1.7

		Technical:


6. SHALL include the "'method'" parameter with the value "INVITE" in the Refer-To header;


REFER defaults to INVITE if no Method URI Parameter is specified. Since we want the REFER to be as short as possible this is therefore redundant and unnecessary.


It is proposed to delete bullet 6. 


(OMA-POC-2004-1118)

		



		1537

		2004.12.06

		CP 6.1.7

		Technical:


Upon receiving an incoming SIP NOTIFY request that is part of the same SIP dialog as the previously sent SIP REFER request the PoC Client SHALL handle the request according to rules and procedures of [RFC3515]. 


Need to add reference to RFC 3265 here


(OMA-POC-2004-1118)

		



		1539

		2004.12.06

		CP 6.1.7

		Technical:


Upon receiving an incoming SIP NOTIFY request that is part of the same dialog as the previously sent SIP REFER request the PoC Client SHALL handle the request according to rules and procedures of [RFC3515];


Need to add reference to RFC 3265 here


(OMA-POC-2004-1118)

		



		2426

		2004.12.07

		CP 6.1.7

		Technical:


Align the paragraph “Upon receiving an incoming SIP NOTIFY …” with the model in 6.1.6.2.


(OMA-POC-2004-1142)

		JW: Fixed (previously agreed)



		2427

		2004.12.07

		CP 6.1.7

		Technical:


Remove the illogical part.


Change:


“1. SHALL generate a SIP REFER request according to the rules and procedures of [draft-multiple-refer] or [RFC3515].”


To:


“1. SHALL generate a SIP REFER request according to the rules and procedures of [RFC3515].”


(OMA-POC-2004-1142)

		



		2428

		2004.12.07

		CP 6.1.7

		Technical:


Change:


“4. SHALL modify the SIP REFER request according to rules and procedures of  [draft-multiple-refer] and the PoC Server:”


To:


Correct illogical error:


“4. SHALL modify the SIP REFER request according to rules and procedures of  [draft-multiple-refer] and the PoC Client:”


(OMA-POC-2004-1142)

		



		2429

		2004.12.07

		CP 6.1.7

		Technical:


Replace the step 5 correcting the reference:


“5. MAY include in the Require header the option-tag “norefersub” according to rules and procedures of [draft-multiple-refer];”


with the following:


“MAY include “norefersub” option tag in a Require header according to rules and procedures of draft-olson-sipping-refer-extensions-01;”


Reference has to be added to 2.1.


(OMA-POC-2004-1142)

		



		2430

		2004.12.07

		CP 6.1.7

		Technical:


In the first NOTE: “INVITE” --> “REFER request”


(OMA-POC-2004-1142)

		



		2431

		2004.12.07

		CP 6.1.7

		Technical:


In step 9:


Should we say that the REFER is sent within the SIP dialog? How to specify the dialog?


What do we do in case when a PoC User wants to add other PoC Users to a Pre-arranged PoC Group Session via Pre-established Session? The Pre-arranged Group Session is hosted on Controlling PoC Server. Within what SIP dialog the REFER is sent in this case? According to my understanding REFER has to be sent outside any SIP dialog. If this is the case, it has impact at least on sub-clause 7.1 and 7.3.1.8. We also need to set Accept-Contact. How to authenticate the Inviting PoC User on the Controlling PoC Server if the request is sent outside an existing dialog?


(OMA-POC-2004-1142)

		



		2432

		2004.12.07

		CP 6.1.7

		Editorial:


In the second NOTE: “option-tag” --> “option tag”


Remove the second dot in the end.


(OMA-POC-2004-1142)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		993

		2004.12.01

		CP 6.1.7

		Editorial: 


Reference have wrong syntax [ TS24.229] change to [TS24.229]


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		996

		2004.12.01

		CP 6.1.7

		Editorial: 


Notes shall be numberred 1 and 2 (since ther is more than one bullet in the subclause)


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1158

		2004.12.01

		CP 6.1.7 (4b)

		Please clarify that the “Refer-To” contains a “CID URI as defined in [RFC 2392] identifying the body part containing the resource list body” and not “the identity of the URI list”


(OMA-POC-2004-1106)

		



		1159

		2004.12.01

		CP 6.1.7 (5)

		The “norefersub” parameter is described in [draft-norefersub]. 


Please reference this draft. (Although this draft is referenced in [draft-multiple-refer], a direct reference would be useful.)


(OMA-POC-2004-1106)

		



		1160

		2004.12.01

		CP 6.1.7 (7)

		Which anonymity is requested in SIP REFER? What happens if the privacy is required for REFER, but not for the initial INVITE?


(OMA-POC-2004-1106)

		



		1538

		2004.12.06

		CP 6.1.8

		Technical


Nothing is stated here about the Authenticated Originator's PoC Address


(OMA-POC-2004-1118)

		



		1540

		2004.12.06

		CP 6.1.8

		Technical


Do we want to include an Allow header in the Instant Personal Alert?


(OMA-POC-2004-1118)

		



		1541

		2004.12.06

		CP 6.1.8

		Technical


Do we need to also include the User-Agent header in Instant Personal Alert?


(OMA-POC-2004-1118)

		



		2433

		2004.12.07

		CP 6.1.8

		Editorial:


Change:


In step 2: PoC user


To:


In step 2: PoC User


(OMA-POC-2004-1142)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2434

		2004.12.07

		CP 6.1.8

		Editorial:


Change:


NOTE: It is has not …


To:


NOTE: It has not …


(OMA-POC-2004-1142)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2435

		2004.12.07

		CP 6.1.8

		Editorial:


Change:


“4. SHALL send the SIP MESSAGE request towards the SIP/IP Core according to rules and procedures of the SIP/IP core.”


To:


“4. SHALL send the SIP MESSAGE request towards the PoC Server according to rules and procedures of the SIP/IP Core.”


(OMA-POC-2004-1142)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		286 (283)

		2004.11.30

		CP 6.1.8

		Editorial:


Change the text in the note from “It is has not been …” to “It has not been …”.


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		994

		2004.12.01

		CP 6.1.8

		Editorial: 


PoC Instant Personal Alert ->  Instant Personal Alert


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		995

		2004.12.01

		CP 6.1.8

		Editorial: 


Notes shall be numberred 1 and 2 (since ther is more than one bullet in the subclause)


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		997

		2004.12.01

		CP 6.1.8

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		JW: Fixed



		998

		2004.12.01

		CP 6.1.8 bullet 1

		Editorial: 


construct -> generate


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		999

		2004.12.01

		CP 6.1.8 bullet 2

		Editorial: 


PoC user -> PoC User


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1000

		2004.12.01

		CP 6.1.9

		Editorial: 


Bullet 3 c) Disolay name --> display name


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed (display name not defined, so lower case)



		1001

		2004.12.01

		CP 6.1.9

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		JW: Fixed



		1002

		2004.12.01

		CP 6.1.9

		Editorial: 


Reference have wrong syntax [ TS24.229] change to [TS24.229]


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1003

		2004.12.01

		CP 6.1.9

		Editorial: 


Paragraph after 3 d) on the wrong bullet level, shouldn't that either be a note or part of bullet 3 d) ? 


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor 


JW: Fixed (changed to NOTE)



		1542

		2004.12.06

		CP 6.1.9

		Technical


Nothing is stated here about the Authenticated Originator's PoC Address


(OMA-POC-2004-1118)

		



		1543

		2004.12.06

		CP 6.1.9

		Technical


Do we want to include an Allow header in the Group Advertisement?


(OMA-POC-2004-1118)

		



		1544

		2004.12.06

		CP 6.1.9

		Technical


Do we need to also include the User-Agent header in Group Advertisement?


(OMA-POC-2004-1118)

		



		1947

		2004.12.06

		CP 6.1.9

		XML schema used for Group Advertisment should be the same as the XML schema for group documents (as defined in PoC XDMS specification. 


(OMA-POC-2004-1128) 

		



		2436

		2004.12.07

		CP 6.1.9

		Editorial:


Change:


“2. SHALL include an Accept-Contact header with the PoC feature-tag '+g.poc.groupad' along with ‘require’ and ‘explicit’ parameters according to the rules and procedures of [RFC 3841];”


To:


“2. SHALL include an Accept-Contact header with the PoC feature-tag '+g.poc.groupad' along with ‘require’ and ‘explicit’ parameters according to rules and procedures of [RFC3841];”


(OMA-POC-2004-1142)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2437

		2004.12.07

		CP 6.1.9

		Technical:


The concepts used in the bullet points 3a and 3c are not defined in sub-clause 3.2. Should they? Should also the one in 3b?


(OMA-POC-2004-1142)

		



		2438

		2004.12.07

		CP 6.1.9

		Editorial:


Change:


In step 4: exploder URI


To:


In step 4: Exploder URI


It seems that the agreed CR is not implemented correctly: there is an irrational part in the end of step 4.


(OMA-POC-2004-1142)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed  (but CR?? Ees to be checked)



		2439

		2004.12.07

		CP 6.1.9

		Technical:


Fallback solution is need when the Exploder URI is not provisioned.


Exploder Internet-Draft seems to be missing in Normative References.


Reference to the Internet-Draft shall be added in step 4.


(OMA-POC-2004-1142)

		



		287 (284)

		2004.11.30

		CP 6.1.9

		Editorial:


Remove “and” in the end of bullet 3. b).


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		288 (285)

		2004.11.30

		CP 6.1.9

		Editorial:


Change the bullet 4 “SHALL optionally include text” to “MAY include text”.


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		289 (286)

		2004.11.30

		CP 6.1.9

		Editorial:


Remove “[“ after the reference [draft-uri-list-message] in bullet 4. 


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1161

		2004.12.01

		CP 6.1.9 (4)

		Please clarify that the “Refer-To” contains a “CID URI as defined in [RFC 2392] identifying the body part containing the resource list body” and not “the identity of the URI list”


(OMA-POC-2004-1106)

		



		1979

		2004.12.06

		CP 6.2 in general

		Technical:


We should add a NOTE somewhere in 6.1 and 6.2 (maybe several places) to give warning that PoC Client should not select two small value (less than 8) for the amount of maximum number of codec frames per one RTP packet, because at least the PoC Clients under GRPS networks will become to the problems.


Nokia to contribute. 


(OMA-POC-2004-1132)

		



		1473

		2004.12.06

		CP 6.2.1.1

		Editorial:


Add the word “than” for clarity in the following sentence.  “When generating SIP responses other than the SIP 100 “Trying” to the received…”.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1552

		2004.12.06

		CP 6.2.1.1

		Technical


The following headers need to be included in the responses:


Allow


Contact with feature-tag +g.poc.talkburst


(OMA-POC-2004-1118)

		



		1553

		2004.12.06

		CP 6.2.1.1

		Technical


Need to include a Require timer in the 200 OK


(OMA-POC-2004-1118)

		



		1980

		2004.12.06

		CP 6.2.1.1

		Technical:


Shall be defined what happens, when privacy is requested in 200 OK, but privacy is not allowed in the group.  In this subclause only a short note is needed, but in the server side is needed additional normative text.


Nokia will contribute.


(OMA-POC-2004-1132)

		



		2450

		2004.12.07

		CP 6.2.1.1

		Editorial:


In step 4: 


Change:


“rules and procedures  specified in[draft-ietf-sip-session-timer]”


To:


“rules and procedures specified in [draft-ietf-sip-session-timer]”


(OMA-POC-2004-1143)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2451

		2004.12.07

		CP 6.2.1.1

		Technical:


Evidently we should insert a step about Allow header and supported methods? Only when sending 200 OK or in all non-100?


(OMA-POC-2004-1143)

		



		2452

		2004.12.07

		CP 6.2.1.1

		Editorial:


The last paragraph:


Change:


“use 3GPP/3GPP2 IMS Session mechanisms”


To:


“use 3GPP/3GPP2 IMS mechanisms”


(OMA-POC-2004-1143)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2548

		2004.12.07

		CP 6.2.1.1

		Technical:


Authoricated Originator’s PoC Address is missing in the response.


(OMA-POC-2004-1146)

		



		1004

		2004.12.01

		CP 6.2.1.2

		Technical:


Change: IIP address and port number at the PoC Client for the RTCP Session   to: IP address and port number at the PoC Client to be used for RTCP 


(OMA-POC-2004-1104)

		JW: Fixed (previously agreed wording)



		1005

		2004.12.01

		CP 6.2.1.2

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		JW: Fixed



		1554

		2004.12.06

		CP 6.2.1.2

		Editorial


b) The selected codec


Modify to


b) The codec selected from those in the SDP offer contained in the SIP INVITE request; 


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1555

		2004.12.06

		CP 6.2.1.2

		Technical


d) The selected Talk Burst Control Protocol and the port number to be used for the Talk Burst Control Protocol.


Modify to


d) The Talk Burst Control Protocol and Talk Burst Control Parameters selected from those in the SDP offer contained in the SIP INVITE request 


e) the port number to be used for the Talk Burst Control Protocol.


(OMA-POC-2004-1118)

		



		178 (178)

		2004.11.29

		CP 6.2.1.2

		Technical:


There is no linkage to the UP procedures. Reference to the UP procedures needs to be added.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


AI: contribution assigned to Ericsson.



		1981

		2004.12.06

		CP 6.2.1.2

		Technical:


Media parameters are also negotiated.  It shall be described here or somewhere else.


Nokia will contribute.


(OMA-POC-2004-1132)

		



		1984

		2004.12.06

		CP 6.2.1.2

		Technical:


Codec selection needs a revision.  If one PoC Client selects one of the offered codecs and another PoC Client in the same PoC session selects another codec, then communication is not possible.  Same problem with codec mode and other media parameters (like amount of codec frames in one RTP packet).


Nokia will contribute. 


(OMA-POC-2004-1132)

		



		2453

		2004.12.07

		CP 6.2.1.2

		Technical:


Because several codecs may be given in the answer and there may be other media parameters, make the following changes in step b:


Change:


“b) The selected codec;”


To:


“b) The selected codecs and other media parameters;”


(OMA-POC-2004-1143)

		JW: Fixed (with previously agreed text)



		2456

		2004.12.07

		CP 6.2.1.2

		Technical:


Because several protocols may be given in the answer, make the following changes in step d:


Change:


“d) The selected Talk Burst Control Protocol and the port number to be used for the Talk Burst Control Protocol.”


To:


“d) The selected Talk Burst Control Protocols and the port numbers to be used for the Talk Burst Control Protocol.”


(OMA-POC-2004-1143)

		



		2459

		2004.12.07

		CP 6.2.1.2

		Technical:


Evidently the word “has” isn’t the correct word when speaking of answer modes?


(OMA-POC-2004-1143)

		JW: TBD Can't we just change 


..and the PoC Client has Auto Answer Mode the PoC Client:


To… and the PoC Client has Auto Answer Mode set the PoC Client:  ??



		2460

		2004.12.07

		CP 6.2.1.2

		Technical:


Evidently the word “has” isn’t the correct word when speaking of answer modes?


(OMA-POC-2004-1143)

		JW: TBD see 2459



		297 (294)

		2004.11.30

		CP 6.2.1.2

		Technical:


Is manual answer used if p-header is missing


(OMA-POC-2004-1093)

		[2004.12.03]


Valid comment.


AI: contribution assigned to Nokia "no p-header is provided"



		1006

		2004.12.01

		CP 6.2.1.3

		Technical:


Change: IP address and port number at the PoC Client for the RTCP Session   to: IP address and port number at the PoC Client to be used for RTCP 


(OMA-POC-2004-1104)

		JW: Fixed (previously agred wording)



		1451

		2004.12.06

		CP 6.2.1.3

		Technical:


Bullet 1.  this section fails to indicate that the 180 Ringing is to be sent (the bullet only describes generating the 180 Ringing).  Suggest changing bullet 1 to read “1. SHALL generate and send a SIP 180 'Ringing' response towards the PoC Server as specified in the subclause 6.2.1.1 “General”.;”.


(OMA-POC-2004-1116)

		



		1474

		2004.12.06

		CP 6.2.1.3

		Editorial:


The conditional actions of this section are confusing as worded.  Suggest, for clarity, that the text be changed as follows.  Reword a bullet to indicate the following: If the user accepts the PoC session invitation, perform steps 2, 3, and 5.  If the user declines the PoC session invitation, perform step 4.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed (text added to bullet 1)



		1556

		2004.12.06

		CP 6.2.1.3

		Editoral


b) The selected codec 


Modify to


b) The codec selected from those in the SDP offer contained in the SIP INVITE request; 


(OMA-POC-2004-1118)

		JW: Fixed



		1557

		2004.12.06

		CP 6.2.1.3

		Technical


d) The selected Talk Burst Control Protocol and the port number to be used for the Talk Burst Control Protocol.


Modify to


d) The Talk Burst Control Protocol and Talk Burst Control Parameters selected from those in the SDP offer contained in the SIP INVITE request 


e) the port number to be used for the Talk Burst Control Protocol.


(OMA-POC-2004-1118)

		



		1558

		2004.12.06

		CP 6.2.1.3

		Editorial


4. SHALL send a SIP 480 “Temporarily Unavailable” response towards the PoC Server if the PoC User declines the PoC Session invitation or a SIP 408 "Request Timeout" response. 


Move this between bullet 1 and bullet 2 and add on the end of the sentence "if the Invitation times out"


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Bullet 4 not moved but made clearer by agreed change in comment 1474 to bullet 1)



		179 (179)

		2004.11.29

		CP 6.2.1.3

		Technical:


There is no linkage to the UP procedures. Reference to the UP procedures needs to be added.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


AI: contribution assigned to Ericsson



		1982

		2004.12.06

		CP 6.2.1.3

		Technical:


Media parameters are also negotiated.  It shall be described here or somewhere else.


Nokia will contribute.


(OMA-POC-2004-1132)

		



		1985

		2004.12.06

		CP 6.2.1.3

		Technical:


Codec selection needs a revision.  If one PoC Client selects one of the offered codecs and another PoC Client in the same PoC session selects another codec, then communication is not possible.  Same problem with codec mode and other media parameters (like amount of codec frames in one RTP packet).


Nokia will contribute. 


(OMA-POC-2004-1132)

		



		1987

		2004.12.06

		CP 6.2.1.3

		Technical:


Should be clarified that Manual answer mode is not used although the manual answer mode is in the PoC Client, if MAO is used.


Nokia will contribute.


(OMA-POC-2004-1132)

		



		2454

		2004.12.07

		CP 6.2.1.3

		Technical:


Because several codecs may be given in the answer and there may be other media parameters, make the following changes in step b:


Change:


“b) The selected codec;”


To:


“b) The selected codecs and other media parameters;”


(OMA-POC-2004-1143)

		



		2457

		2004.12.07

		CP 6.2.1.3

		Technical:


Because several protocols may be given in the answer, make the following changes in step d:


Change:


“d) The selected Talk Burst Control Protocol and the port number to be used for the Talk Burst Control Protocol.”


To:


“d) The selected Talk Burst Control Protocols and the port numbers to be used for the Talk Burst Control Protocol.”


(OMA-POC-2004-1143)

		



		2461

		2004.12.07

		CP 6.2.1.3

		Technical:


Clarify the step 4. Otherwise error response 408 is always wrongly sent before sending 200 OK.


(OMA-POC-2004-1143)

		



		1007

		2004.12.01

		CP 6.2.1.4

		Editorial: 


One of the bullets 3 and 4 can be removed.


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1008

		2004.12.01

		CP 6.2.1.4

		Technical:


Change: IP address and port number at the PoC Client for the RTCP Session   to: IP address and port number at the PoC Client to be used for RTCP 


(OMA-POC-2004-1104)

		 JW: Fixed



		1009

		2004.12.01

		CP 6.2.1.4

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		JW: Fixed



		1162

		2004.12.01

		CP 6.2.1.4

		Duplicate bullets (3) and (4).


(OMA-POC-2004-1106)

		JW: Fixed



		1475

		2004.12.06

		CP 6.2.1.4

		Editorial:


Bullets 3 and 4 are duplicates.  Remove one of the bullets.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1559

		2004.12.06

		CP 6.2.1.4

		Editoral


b) The selected codec


Modify to


b) The codec selected from those in the SDP offer contained in the SIP INVITE request; 


(OMA-POC-2004-1118)

		 JW: Fixed



		1560

		2004.12.06

		CP 6.2.1.4

		Technical


d) The selected Talk Burst Control Protocol and the port number to be used for the Talk Burst Control Protocol.


Modify to


d) The Talk Burst Control Protocol and Talk Burst Control Parameters selected from those in the SDP offer contained in the SIP INVITE request 


e) the port number to be used for the Talk Burst Control Protocol.


(OMA-POC-2004-1118)

		



		180 (180)

		2004.11.29

		CP 6.2.1.4

		Technical:


There is no linkage to the UP procedures. Reference to the UP procedures needs to be added.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


AI: contribution assigned to Ericsson.



		181 (181)

		2004.11.29

		CP 6.2.1.4

		Editorial:


Duplicate bullets 3 and 4. Remove one of the bullets.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1983

		2004.12.06

		CP 6.2.1.4

		Technical:


Media parameters are also negotiated.  It shall be described here or somewhere else.


Nokia will contribute.


(OMA-POC-2004-1132)

		



		1986

		2004.12.06

		CP 6.2.1.4

		Technical:


Codec selection needs a revision.  If one PoC Client selects one of the offered codecs and another PoC Client in the same PoC session selects another codec, then communication is not possible.  Same problem with codec mode and other media parameters (like amount of codec frames in one RTP packet).


Nokia will contribute. 


(OMA-POC-2004-1132)

		



		1988

		2004.12.06

		CP 6.2.1.4

		Editorial:


Remove additional “.” In the end of the first bullet.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1989

		2004.12.06

		CP 6.2.1.4

		Editorial:


Remove the bullet 4., because the bullets 3 and 4 are quite similar.  


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2317

		2004.12.07

		CP 6.2.1.4

		Editorial


Delete bullet 4


4. SHALL send the SIP 200 “OK” response to the PoC Server according to the rules and procedures of SIP/IP Core.


(OMA-POC-2004-1139)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2455

		2004.12.07

		CP 6.2.1.4

		Technical:


Because several codecs may be given in the answer and there may be other media parameters, make the following changes in step b:


Change:


“b) The selected codec;”


To:


“b) The selected codecs and other media parameters;”


(OMA-POC-2004-1143)

		



		2458

		2004.12.07

		CP 6.2.1.4

		Technical:


Because several protocols may be given in the answer, make the following changes in step d:


Change:


“d) The selected Talk Burst Control Protocol and the port number to be used for the Talk Burst Control Protocol.”


To:


“d) The selected Talk Burst Control Protocols and the port numbers to be used for the Talk Burst Control Protocol.”


(OMA-POC-2004-1143)

		



		1010

		2004.12.01

		CP 6.2.2

		Editorial: 


(in paragraph 1) tthe -> the


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1011

		2004.12.01

		CP 6.2.2

		Typo in first paragraph: tthe --> the


(OMA-POC-2004-1104)

		JW: Fixed



		1476

		2004.12.06

		CP 6.2.2

		Editorial:


First paragraph.  The sentence wording should be clarified.  Suggest changing the sentence to read as follows: “Upon receiving a SIP UPDATE request or a SIP re-INVITE request with a MIME SDP body including a new SDP offer as specified by [RFC3264] and [RFC2327], the PoC Client SHALL reject the request with a SIP 488 "Not Acceptable here" response towards the PoC server according to the rules and procedures of SIP/IP core.”.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1477

		2004.12.06

		CP 6.2.2

		Editorial:


Bullet 1, sub-bullet b).  Sentence should be clarified as follows: “reject the request with a SIP 488 "Not Acceptable Here" response towards the PoC server according to the rules and procedures of SIP/IP core.”.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1561

		2004.12.06

		CP 6.2.2

		Technical


b) reject the request with a SIP 488 "Not Acceptable Here" response.  Otherwise, continue with the rest of the steps;


Should the PoC Client include SDP in the body of the 488 that specifies what Codecs would have been acceptable


(OMA-POC-2004-1118)

		



		1950

		2004.12.06

		CP 6.2.2

		Editorial:


Remove duplicated "t" in "tthe" below.


“Upon receiving a SIP UPDATE request or a SIP re-INVITE request a MIME SDP body including a new SDP offer as specified by [RFC3264] and [RFC2327] tthe PoC Client reject the request with a SIP 488 "Not Acceptable here" response.”


(OMA-POC-2004-1128)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1990

		2004.12.06

		CP 6.2.2

		Technical:


Remove in the first sentence:


“reject the request with SIP 488 “Not Acceptable Here” response.  Otherwise continue with the rest of the steps”


Because this is covered in the bullet 1.b.


(OMA-POC-2004-1132)

		



		1991

		2004.12.06

		CP 6.2.2

		Editorial:


Change in the first sentence “tthe” to “the”


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1992

		2004.12.06

		CP 6.2.2

		Editorial:


Change the bullet 4 “SHALL .include …” to “SHALL include …”.  Remove the additional “.”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2462

		2004.12.07

		CP 6.2.2

		Editorial:


On the first line: “re-INVITE request a MIME SDP body including” should evidently have “with” i.e. “re-INVITE request with a MIME SDP body including”


(OMA-POC-2004-1143)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed (using previously agreed wording)



		2463

		2004.12.07

		CP 6.2.2

		Technical:


In step 1a we should evidently use “Media Parameters” instead of “media capabilities”.


(OMA-POC-2004-1143)

		JW: Fixed



		2464

		2004.12.07

		CP 6.2.2

		Editorial:


Remove comma after ‘mechanisms’ in the last paragraph.


(OMA-POC-2004-1143)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1012

		2004.12.01

		CP 6.2.3.1

		Technical: 


Editor's note can be removed and the reference to [OMA-POC-UP] "PoC Client procedures at PoC Session termination" inserted in text.


(OMA-POC-2004-1104)

		JW: Ericsson contribution fixing exact CP references?



		1013

		2004.12.01

		CP 6.2.3.1

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		JW: Fixed



		182 (182)

		2004.11.29

		CP 6.2.3.1

		Technical:


There is no linkage to the UP procedures. Reference to the UP procedures needs to be added.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


AI: contribution assigned to Ericsson.



		1993

		2004.12.06

		CP 6.2.3.1

		Technical:


Remove editor’s note after the bullet 2 and add UP reference “PoC Client procedures at PoC Session termination”.


Note:  “termination” word might need to be changed to “release” in UP and CP.


(OMA-POC-2004-1132)

		



		2465

		2004.12.07

		CP 6.2.3.1

		Technical:


In step 2 should we talk about PoC Session instead of SIP session?


(OMA-POC-2004-1143)

		



		1014

		2004.12.01

		CP 6.2.3.2

		Editorial: 


remove spec between " and the PoC Client, replace "treat" with regard


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1015

		2004.12.01

		CP 6.2.3.2

		Editorial: 


"PoC Session control state diagram – Pre-established Session” should be in italic font


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1478

		2004.12.06

		CP 6.2.3.2

		Editorial:


Add comma into the first sentence for clarity as follows: “Upon receiving a termination request on the User Plane as specified in [OMA-PoC-UP] ”PoC Session control state diagram – Pre-established Session”, the PoC Client SHALL treat the PoC Session within the Pre-established Session as terminated and interact with the User Plane as specified in [OMA-PoC-UP] "PoC Client procedures at PoC Session termination".”.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1016

		2004.12.01

		CP 6.2.4

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		JW: Fixed



		1017

		2004.12.01

		CP 6.2.4

		Editorial: 


feature tag --> feature-tag


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1562

		2004.12.06

		CP 6.2.4

		Technical


Do we want to include an Allow header in the response to theInstant Personal Alert?


(OMA-POC-2004-1118)

		



		1563

		2004.12.06

		CP 6.2.4

		Technical


Do we need to also include the Server header in the Instant Personal Alert?


(OMA-POC-2004-1118)

		



		1995

		2004.12.06

		CP 6.2.4

		Editorial:


Two different syntaxes are used in “OK”, please align.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1996

		2004.12.06

		CP 6.2.4

		Technical:


Describe how the IPA MESSAGE is handled if anonymity is requested.


Nokia will contribute.


(OMA-POC-2004-1132)

		



		2466

		2004.12.07

		CP 6.2.4

		Technical:


Wrong references to subclauses (numbers and titles).


(OMA-POC-2004-1143)

		



		2467

		2004.12.07

		CP 6.2.4

		Editorial:


Remove comma after ‘mechanisms’ in the last paragraph.


(OMA-POC-2004-1143)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1564

		2004.12.06

		CP 6.2.5

		Technical


Do we want to include an Allow header in the response to the Group Advertisement?


(OMA-POC-2004-1118)

		



		1565

		2004.12.06

		CP 6.2.5

		Technical


Do we need to also include the Server header in the response to the Group Advertisement?


(OMA-POC-2004-1118)

		



		1997

		2004.12.06

		CP 6.2.5

		Technical:


Describe how the GA MESSAGE is handled if anonymity is requested.


Nokia will contribute.


(OMA-POC-2004-1132)

		



		2468

		2004.12.07

		CP 6.2.5

		Technical:


Generation of 200 OK is missing.


(OMA-POC-2004-1143)

		



		2469

		2004.12.07

		CP 6.2.5

		Editorial:


Remove ‘the’ before ‘mechanisms’ in the last paragraph.


(OMA-POC-2004-1143)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1998

		2004.12.06

		CP 6.2.7

		Editorial:


Change “… if Simultaneous Sessions” to “… if Simultaneous PoC Sessions”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1999

		2004.12.06

		CP 6.2.7

		Editorial:


Change “… by the Home PoC Network” to “… by the PoC Server of the Home PoC Network.”. 


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2470

		2004.12.07

		CP 6.2.7

		Technical/Editorial:


A dot is evidently missing between sentences in the first paragraph.


(OMA-POC-2004-1143)

		JW: Fixed



		2471

		2004.12.07

		CP 6.2.7

		Technical/Editorial:


Wrong references to sub-clauses (numbers).


(OMA-POC-2004-1143)

		JW: Fixed



		2251

		2004.12.06

		CP 7

		Editorial:


When including a new header in the request/response sometimes it is said “include the <name> header” and sometimes “include a <name> header” and sometimes even “include <name> header”. Similarly when saying “include <something> in a/the <name> header”. See e.g. 6.1.3.1. Evidently editorial cleaning is needed.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor



		2253

		2004.12.06

		CP 7

		Editorial:


Sometimes there is an “and” in the end of the second last bullet point and  sometimes there isn’t.


Should be aligned. Proposal: Remove the “and”.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed (ongoing)



		2255

		2004.12.06

		CP 7

		Editorial:


Sometimes a bullet point has a dot in the end and sometimes a semicolon.


Should be aligned. Proposal: Use semicolon.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed (ongoing)



		2257

		2004.12.06

		CP 7

		Editorial:


The text of the sub-steps (i.e. in sub-bullet points a, b, i, ii, etc) has the first letter with sometimes upper, sometimes lower case.


(OMA-POC-2004-1141)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed (ongoing)



		2406

		2004.12.07

		CP 7

		Editorial:


Change:


SIP/IP core


To:


SIP/IP Core


(OMA-POC-2004-1142)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2408

		2004.12.07

		CP 7

		Editorial:


Change:


according to the rules and procedures of


To:


according to rules and procedures of


(OMA-POC-2004-1142)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2473

		2004.12.07

		CP 7

		Editorial:


Change:


“according to rules and procedures in [reference]”


To:


“according to rules and procedures of [reference]”


(OMA-POC-2004-1143)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2474

		2004.12.07

		CP 7

		Technical:


There seems to be both 403 and 404 error responses because of checking Accept-Contact header. Shall be align: 404 is correct.


(OMA-POC-2004-1143)

		



		2475

		2004.12.07

		CP 7

		When anonymity is requested, it is not specified what a B2BUA inserts in the From header.


(OMA-POC-2004-1143)

		



		2547

		2004.12.07

		CP 7

		Technical/Editorial:


Not so readable as CP 6. Should be cleaned and revised. 


(OMA-POC-2004-1146)

		JW: Too general to fix …I think that we need contributions  



		1018

		2004.12.01

		CP 7.1

		Editorial: 


feature tag --> feature-tag


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1452

		2004.12.06

		CP 7.1

		Technical:


Difference between determinations of Controlling PoC server in sub-bullet c), vs. sub-bullet d) is not clear.  Sub-bullet c) specifies the SIP URI containing a pre-arranged group, and sub-bullet d) specifies the SIP URI containing a Group Identity.  The definitions of these terms are overlapping, and the determination of controlling vs. participating is not clear.  A group identify could be a pre-arranged group, or it could be a chat group.  But sub-bullet c) also specifies how to evaluate for a pre-arranged group.


(OMA-POC-2004-1116)

		



		1479

		2004.12.06

		CP 7.1

		Editorial:


Bullet 2, sub-bullet c).  Add comma to first sentence as follows: “If the SIP URI corresponds to a pre-arranged group known by the PoC Server, the PoC Server:”.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1566

		2004.12.06

		CP 7.1

		Technical


Upon receiving an initial SIP INVITE request the PoC Server:


1. SHALL determine if it is a mobile originating or mobile terminating trigger detection point.


2. SHALL analyze the Request-URI if it is the mobile originating trigger detection point and


3. SHALL analyze the Request-URI If it is the mobile terminating trigger detection point and


We do not define how the PoC Server determines the mobile originating or mobile terminating trigger detection point or define these concepts. This issue also exists for MESSAGE method handling in subclause 7.1 as well


Contribution Required


(OMA-POC-2004-1118)

		



		1567

		2004.12.06

		CP 7.1

		Technical


c) If the SIP URI corresponds to a pre-arranged group known by the PoC Server the PoC Server: 


i. SHALL perform the role of  Controlling PoC Function and continue as specified in subclause 7.2.1.3 "Pre-arranged PoC Group Session setup request"; or,


ii. SHALL perform the role of the Participating PoC Function and continue as specified in subclause 7.3.1.4 "PoC Session initiation on-demand".


There are two alternatives but no guidance is given as which branch to take


(OMA-POC-2004-1118)

		



		183 (183)

		2004.11.29

		CP 7.1

		Technical:


Support for Group Advertisement is missing from this section.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


Identical issue to [242] and [299]


AI: contribution assigned to Siemens.



		2000

		2004.12.06

		CP 7.1

		Editorial:


Remove the bullet #1, because it is covered in bullets #2 and #3.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed (bullets renumbered)



		2001

		2004.12.06

		CP 7.1

		Technical:


Two roles are allocated in the 2.a.  Should be split.  


(OMA-POC-2004-1132)

		



		2002

		2004.12.06

		CP 7.1

		Editorial:


Write “If” in lower case “if” in the bullet 3.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2003

		2004.12.06

		CP 7.1

		Editorial:


Write in the bullet 1 (SIP MESSAGE) “SHALL determine …”.  Use lower case d in the word “Determine”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed (bullet deleted as per earlier agreed change)



		242 (240)

		2004.11.30

		CP 7.1

		Determination of roles for GA missing.


Detailed text to be provided in separate contribution


(OMA-POC-2004-1091)

		[2004.12.01]


Valid comment.


Identical issue to [183]


AI: contribution assigned to Nokia to include this item in item [299]



		2476

		2004.12.07

		CP 7.1

		Technical:


Chat PoC Group seems to be missing.


(OMA-POC-2004-1143)

		



		2477

		2004.12.07

		CP 7.1

		Technical:


Group Advertisement (MESSAGE) handling specification is missing.


(OMA-POC-2004-1143)

		



		2478

		2004.12.07

		CP 7.1

		Technical:


In the steps 1a and 1b under the “Upon receiving a SIP SUBSRIBE …” Group Identity is not defined under 3.2 Definitions. Should it be better to say “to a identity identifying a PoC Group” instead of “to a Group Identity identifying a PoC Group”?


(OMA-POC-2004-1143)

		



		2495

		2004.12.07

		CP 7.1

		Technical:


In the step 2 Group Session Identity is missing (joining case). Is it possible to recognize Group Session Identity with the specification in step 2c of 7.1?


(OMA-POC-2004-1143)

		



		2567

		2004.12.07

		CP 7.1

		Technical:


Based on step 2 REFER may be sent further outside SIP dialog. Should be aligned with 7.1


(OMA-POC-2004-1146)

		



		298 (295)

		2004.11.30

		CP 7.1

		Technical:


Determination of PoC Server role.  In some cases there may be 2 Participating Functions in Pre-established session (2e+2b), especially when the conference-factory-URI is not hosted on the home PoC server of the PoC User. There is the same problem with on-demand case: (2e+2a) and (2e+2cii). Additionally when the on-demand is used, in the case (2a) there is Participating role but the Participating functionality is missing.


(OMA-POC-2004-1093)

		[2004.12.03]


Valid comment.


AI: contribution assigned to Nokia


Also see [299]



		299 (296)

		2004.11.30

		CP 7.1

		Technical:


Not described how PoC server role is defined in the case of GA


Nokia will contribution a proposal.


(OMA-POC-2004-1093)

		[2004.12.03]


Valid comment.


Identical issue to [183] and [242]


AI: contribution assigned to Nokia, which may be included in contribution on [298]



		1948

		2004.12.06

		CP 7.2

		Procedures derived from the PoC User Access Policy document stored in the PoC XDMS (PoC_XDM Section 5.2) need to be explicitly explained in PoC_CP section 7.2. 


(OMA-POC-2004-1128)

		



		1568

		2004.12.06

		CP 7.2.1.1

		Editorial


2. SHOULD include the Allow header with the supported SIP methods.


Modify to:


2. SHOULD include an Allow header with all the supported SIP methods.


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1569

		2004.12.06

		CP 7.2.1.1

		Technical


Allow header is not specified to be included in the Provisional Response and the Authenticated Originator's PoC Address is also not specified to be included in the provisional response.


(OMA-POC-2004-1118)

		



		1570

		2004.12.06

		CP 7.2.1.1

		Technical


The following additional items need to be Specified for this 200 OK response:


Server Header (if a provisional response not previously sent)


Authenticated Originator's PoC Address (if a provisional response not previously sent)


Require: timer


(OMA-POC-2004-1118)

		



		1571

		2004.12.06

		CP 7.2.1.1

		Technical


4. SHALL include in a Contact header the PoC Session Identity with the feature-tag ‘isfocus’ and the feature-tag ´+g.poc.talkburst’ and the Session-Type uri-parameter set to the type of the PoC Session.


Modify


4. SHALL include in a Contact header the PoC Session Identity with the feature-tag ‘isfocus’ and the feature-tag ´+g.poc.talkburst’ and the Session-Type uri-parameter "session=1-1” or  “session=adhoc” or "session=prearranged” or  “session=chat” as appropriate for the type of PoC Session as defined in C.5.1 


(OMA-POC-2004-1118)

		



		2004

		2004.12.06

		CP 7.2.1.1

		Editorial:


Align the syntax in the feature tag in the bullet 4 by changing the 


´+g.poc.talkburst’


to


‘+g.poc.talkburst’


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2479

		2004.12.07

		CP 7.2.1.1

		Technical:


In the last paragraph: “the PoC Client SHALL” --> “the PoC Server SHALL”


(OMA-POC-2004-1143)

		



		1019

		2004.12.01

		CP 7.2.1.10

		Editorial: 


Reference have wrong syntax [ TS24.229] change to [TS24.229]


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2028

		2004.12.06

		CP 7.2.1.10

		Technical:


The abbreviations UAS is used. It should be added in the subclause 3.3 Abbreviations.


(OMA-POC-2004-1132)

		JW: Contribution?



		2515

		2004.12.07

		CP 7.2.1.10

		Technical:


Is the word “respectively” missing in the end of the step 2?


(OMA-POC-2004-1143)

		



		2029

		2004.12.06

		CP 7.2.1.11

		Technical:


Shall be added that “allow-conference-state” information element as specified in XDM Specification shall be checked to see, if the subscription to the conference state event package is allowed for this User. 


Nokia to contribute.


(OMA-POC-2004-1132)

		



		936

		2004.12.01

		CP 7.2.1.11

		Technical:


One-off request and Continuous mode for subscription to Participant information is not defined. PoC ETR section 5.1.1.3 mentionned these. Describe in AD chapter 9.10 only.


(OMA-POC-2004-1104)

		JW: We need to fixt this



		1163

		2004.12.01

		CP 7.2.1.11.1

		Technical:


The <allow-conference-state> action stored in PoC XDMS shall be checked here.


(OMA-POC-2004-1106)

		



		1603

		2004.12.06

		CP 7.2.1.11.1

		Technical:


Upon receiving a SIP SUBSCRIBE request with the Event header according to rules and procedures of [draft-conference-state] the PoC Server:


Event header parameter not identified


(OMA-POC-2004-1118)

		



		2030

		2004.12.06

		CP 7.2.1.11.1

		Editorial:


Split the bullet 8 to two parts, because the referred subclause covers only the first item of these. 


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2031

		2004.12.06

		CP 7.2.1.11.1

		Editorial:


Split the paragraph after the bullet 8 to two parts, because the referred subclause covers only the first item of these. 


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2516

		2004.12.07

		CP 7.2.1.11.1

		Technical:


Shall not continue to step 2 after the error condition in step 1.


(OMA-POC-2004-1143)

		



		1020

		2004.12.01

		CP 7.2.1.11.2

		Technical:


The spec say: The PoC Server SHOULD limit the rate of SIP NOTIFY requests sent toward a PoC Client, my question is how and what value is limited? May be a sentence saying that how the send rate is limited is implementation specific?


(OMA-POC-2004-1104)

		



		1021

		2004.12.01

		CP 7.2.1.11.2

		Editorial:


PoC participant and PoC Participant --> Participant in 8 places


(OMA-POC-2004-1104)

		JW: Fixed



		1164

		2004.12.01

		CP 7.2.1.11.2

		The requirements stated in bullet (2) are inconsistent.


The referenced [draft-conference-state] has changed structure. Please rephrase the bullet to conform to the latest draft.


(OMA-POC-2004-1106)

		JW: Correct reference when draft is stable (see editor's note in reference section)



		1165

		2004.12.01

		CP 7.2.1.11.2

		Which address of the participants is included in the list: always SIP URI, or SIP/TEL URI?


If the user has been invited with TEL URI, but notification contains his SIP URI, the session originator is unable to correlate URI of participants that were invited with URI of active participants. This must be avoided.


Proposal: The SIP NOTIFY includes the address that was used in SIP INVITE.


(OMA-POC-2004-1106)

		



		1604

		2004.12.06

		CP 7.2.1.11.2

		Technical


The PoC Server SHOULD limit the rate of SIP NOTIFY requests sent toward a PoC Client.


There is no guidance on how this is done.


(OMA-POC-2004-1118)

		



		2032

		2004.12.06

		CP 7.2.1.11.2

		Editorial:


Align the “” marks in the bullet 2. c) iii with other similar marks in the subclause (and whole document).


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed (globally)



		2480

		2004.12.07

		CP 7.2.1.11.2

		Technical:


In the last paragraph: “the PoC Client SHALL” --> “the PoC Server SHALL”


(OMA-POC-2004-1143)

		



		1605

		2004.12.06

		CP 7.2.1.11.3

		Editorial


b) SHALL set the Subscription-State to “terminated;noresources”


Modify to


b) SHALL set the Subscription-State header to “terminated;noresources”


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2033

		2004.12.06

		CP 7.2.1.11.3

		Editorial:


Remove the “SHALL” in the beginning of the bullet 3.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2034

		2004.12.06

		CP 7.2.1.12

		Technical:


Add bullet to state, that if anonymity is requested, then the request is rejected by 403 “Forbiden”.


Nokia to contribute.


(OMA-POC-2004-1132)

		



		2035

		2004.12.06

		CP 7.2.1.12

		Editorial:


Remove additional “–“ before the NOTE.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2517

		2004.12.07

		CP 7.2.1.12

		Technical:


Exploder functionality is missing. If not specified, should we route to an Exploder service? Or is it the Client which has to put correct URI in the Request-URI?


(OMA-POC-2004-1143)

		



		2518

		2004.12.07

		CP 7.2.1.12

		Technical:


Shall not continue to step 3 after the error condition in step 2.


(OMA-POC-2004-1143)

		



		1166

		2004.12.01

		CP 7.2.1.14

		The authorization is based on the <allow-initiate-conference> action only. There are no member lists defined.


Please remove the bullet list and rephrase as follows, ( ) shall be removed:


The PoC Server performing the Controlling PoC Function SHALL initiate the PoC Session (according to one of the following procedures) depending on whether the requesting PoC User is allowed the action “allow-initiate-conference” as specified in [PoC XDM Specification].


(OMA-POC-2004-1106)

		



		1493

		2004.12.06

		CP 7.2.1.14

		Session initiation policy is described in terms of examples, rather than concrete procedures tied to the PoC XDM Spec.


Motorola will provide contribution.


(OMA-POC-2004-1117)

		



		184 (184)

		2004.11.29

		CP 7.2.1.14

		Technical:


References to this subclause are missing in the relevant subclauses.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


AI: contribution assigned to Nokia.



		185 (185)

		2004.11.29

		CP 7.2.1.14

		Technical:


Need to align with XDM specification terminology.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP editor



		2036

		2004.12.06

		CP 7.2.1.14

		Editorial:


Delete the first EN, if comments to cover the references are accepted.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed (reference added to first bullet in 7.2.1.8



		2037

		2004.12.06

		CP 7.2.1.14

		Technical:


Define the term “group host” in subclause 3.2 Definitions (this issue is not defined in GM).  And delete the second EN.


Nokia to contribute.


(OMA-POC-2004-1132)

		



		2241

		2004.12.06

		CP 7.2.1.14

		Technical:


Definition for “Restricted Group” is missing.


Proposal for definition:


“A Group that can be joined only by a User that is a member of the Group.”


Use initial capital letters in 7.2.1.14.


(OMA-POC-2004-1141)

		



		1022

		2004.12.01

		CP 7.2.1.15

		Should we have a clause for when max number of participant is reached/exceeded? Max Ad-hoc is defined in Appendix E, Is it enough?


(OMA-POC-2004-1104)

		



		1167

		2004.12.01

		CP 7.2.1.15

		The authorization is based on the <allow-invite-users-dynamically> action only. There are no member lists defined.


Please remove the bullet list and rephrase as follows:


The PoC Server performing the Controlling PoC Function SHALL invite the PoC Clients (according to the following procedures) depending on whether the requesting PoC User is allowed the action “allow-invite-users-dynamically” as (the Group attribute) specified in [POC XDM Specification].:


(OMA-POC-2004-1106)

		



		1494

		2004.12.06

		CP 7.2.1.15

		Session adding policy described in terms of examples, rather than concrete procedures tied to the PoC XDM Spec.


Motorola will provide contribution.


(OMA-POC-2004-1117)

		



		186 (186)

		2004.11.29

		CP 7.2.1.15

		Technical:


References to this subclause are missing in the relevant subclauses.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


AI: contribution assigned to Nokia.



		2038

		2004.12.06

		CP 7.2.1.15

		Editorial:


Delete the first EN, if comments to cover the references are accepted.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed (reference already exists in 7.2.1.8)



		2039

		2004.12.06

		CP 7.2.1.15

		Technical:


Add adding policy for ad-hoc group sessions.  Either initiator or any Participant is allowed to add Participants to the Ad-hoc PoC Session. 


Nokia to contribute.


(OMA-POC-2004-1132)

		



		1023

		2004.12.01

		CP 7.2.1.16

		should we have policy for the Group administrator or is it meant to be the group owner? In ETR,  under 5.1.1.2 "PoC Session Initiation, Joining and termination", Bullet [15]. Administrator is mentionned but could not find it in CP.


(OMA-POC-2004-1104)

		



		1024

		2004.12.01

		CP 7.2.1.16

		Editorial:


PoC participant and PoC Participant --> Participant in 1 places


(OMA-POC-2004-1104)

		JW: Fixed



		1025

		2004.12.01

		CP 7.2.1.16

		Editorial:


PoC server --> PoC Server in 1 place


(OMA-POC-2004-1104)

		JW: Fixed



		1026

		2004.12.01

		CP 7.2.1.16

		Editorial:


PoC session --> PoC Session in 5 places


(OMA-POC-2004-1104)

		JW: Fixed



		1027

		2004.12.01

		CP 7.2.1.16

		Editorial:


Chat PoC Session --> Chat PoC Group Session in 2 places


(OMA-POC-2004-1104)

		JW: Fixed



		1485

		2004.12.06

		CP 7.2.1.16

		Editorial:


Wording change in one of the bullets.  Suggest a change as follows:  “•
if the PoC Session is a 1-1 PoC Session and there is only one or zero Participants in the PoC Session;”.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		187 (187)

		2004.11.29

		CP 7.2.1.16

		Technical:


Need to resolve Editor’s Note: This may need to be split the way that definitions are in the appendix.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


Remove editor's note.


AI: correction assigned to CP editor  JW: TBD – Contribution needed because it may affect lots of other places in spec.



		188 (188)

		2004.11.29

		CP 7.2.1.16

		Technical:


References to this subclause are missing in the relevant subclauses.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


Change "termination" to "release"


AI: contribution assigned to Nokia.



		2040

		2004.12.06

		CP 7.2.1.16

		Editorial:


Delete the second EN, if comments to cover the references are accepted.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: TBD (need to identify correct PoC Server termination sections



		2041

		2004.12.06

		CP 7.2.1.16

		Technical/Editorial:


Clarify, that all the rules are operator configurable by adding numbers 1 and 2 see below.  Additionally replace “e.g. one” by “a combination”:


The termination policy may be  a combination of the following according to the local policy defined by the operator:


1. The PoC Server performing the Controlling PoC Function SHALL remove the rest of the Participants from the PoC Session it hosts and terminate the PoC Session.  


if the PoC Session is an Ad-hoc or 1-1 PoC Session and the originator of the PoC Session leaves the PoC Session;


if the PoC Session is a Pre-arranged PoC Session and the originator of the PoC Session leaves the PoC Session and the auto-release has the value “true”;


if the PoC Session is a 1-1 PoC Session and there is only one or none Participant in the PoC Session;


if the PoC Session is a Pre-arranged ,Ad-hoc or 1-1 PoC Session and there are as many as or less than “number-of-remaining-participants” Participants in the PoC Session;


if the PoC Session has lasted longer than the session max length variable specifies.


if the PoC Session is Pre-arranged or Chat PoC Session and the Group is deleted.


2. The PoC Server performing the Controlling PoC Function SHALL remove a Participant from the PoC Session


if the PoC Session is Pre-arranged or restricted Chat PoC Session and the Participant is removed from the Group


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2519

		2004.12.07

		CP 7.2.1.16

		Technical:


Change:


“The termination policy may be e.g. one of the following according to the local policy defined by the operator:”


To:


“The termination policy may be e.g. a combination of one or more items of the following list according to the local policy defined by the operator:”


(OMA-POC-2004-1143)

		



		1028

		2004.12.01

		CP 7.2.1.2

		Technical: 


The Controlling PoC Function have to check maximum number of allowed participants (according to the RD) before accepting an INVITE or REFER. A bullet need to be added in the subclause.


(OMA-POC-2004-1104)

		



		1033

		2004.12.01

		CP 7.2.1.2

		Technical: 


Change: IP address and port number at the PoC Client for the RTCP Session   to: IP address and port number at the PoC Client to be used for RTCP  [in 2 places]


(OMA-POC-2004-1104)

		



		1168

		2004.12.01

		CP 7.2.1.2

		Describe how the server reacts if PRACK needs to be generated (see callflow in D.4.2)


(OMA-POC-2004-1106)

		



		1170

		2004.12.01

		CP 7.2.1.2

		Editorial:


Bullet (6):add "s" after list as 


a MIME resource-lists body


(OMA-POC-2004-1106)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1480

		2004.12.06

		CP 7.2.1.2

		Editorial:


Paragraph describing SIP 183 response, bullet 3), suggest adding the following for clarification and consistency with other section wording as follows: “3. SHALL send the SIP 200 "OK" response towards the inviting PoC Client according to rules and procedures of SIP/IP Core”.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1572

		2004.12.06

		CP 7.2.1.2

		Editorial


SHALL needs to be on each line of bullet list


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1573

		2004.12.06

		CP 7.2.1.2

		Technical


The case of receiving a 408 Timeout or 480 “Temporarily Unavailable response n the Unconfirmed indication case


is not covered. 


Seems the right thing to do is send a BYE to the originating PoC Client, (or a Notify of the 4xx error in the combined Controlling and Participating Server case)


(OMA-POC-2004-1118)

		



		1577

		2004.12.06

		CP 7.2.1.2

		Technical 


iv. The selected Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol and optionally “tb-granted” indication as specified in C.3 “SDP Extensions”.


Modify to:


iv The selected Talk Burst Control Protocol and Talk Burst Parameters from those contained in the original  SDP offer from the PoC Client that were also contained in the SDP offer sent by the PoC Server or are supported by the PoC Server and can be translated by the PoC Server to those that were contained in the SDP offer sent by the PoC Server


v. optionally “tb-granted” indication as specified in C.3 “SDP Extensions”.


vi. the PoC server's port number for the Talk Burst Control Protocol.


This issue appears in two places in this subclause


(OMA-POC-2004-1118)

		



		2011

		2004.12.06

		CP 7.2.1.2

		Technical:


Correct the sentence in the bullet 1 in the end of the subclause:


“The SIP final response SHALL include the Status-Code with the lowest value received from the Invited PoC User(s); or,”


It is better to leave this decision to the PoC Server.  In some cases it may be better to send something else than the lowest value.  


Nokia will contribute.


(OMA-POC-2004-1132)

		



		2042

		2004.12.06

		CP 7.2.1.2

		Technical:


Not consistent with the IETF Internet Draft [draft-URI-list]. According to the [draft-URI-list] the PoC Server sends 200 OK before it has received a response from any invited Client/User. 


Thus receiving 183 before 200 OK is not consistent with the draft.


After “Upon receiving 200 OK” the bullet 1 is not consistent with the IEF draft..


After “Upon receiving  final response” the bullet 1 is not consistent with the IETF draft.


(OMA-POC-2004-1132)

		



		243 (241)

		2004.11.30

		CP 7.2.1.2

		Add "and not having received a SIP 183 “Session progress” before" after “Upon receiving a SIP 200 "OK" response.


(OMA-POC-2004-1091)

		[2004.12.01]


Condition is already covered in other text in this same subclause. -- Commentator withdrawn.



		2481

		2004.12.07

		CP 7.2.1.2

		Technical:


Evidently we should check Accept-Contact and not Contact header in step 2.


(OMA-POC-2004-1143)

		



		2482

		2004.12.07

		CP 7.2.1.2

		Technical:


What step 4 really wants to say? Actually a Conference URI is allocated.


(OMA-POC-2004-1143)

		



		2483

		2004.12.07

		CP 7.2.1.2

		Technical/Editorial:


The step 1.a)iii under “Upon receiving a SP 183 …” is not aligned with other similar instances (e.g. in step 2.iii).


(OMA-POC-2004-1143)

		



		2484

		2004.12.07

		CP 7.2.1.2

		Technical:


Because there may be other media parameters, make the following changes in step ii/b (several places)


Change:


“The selected codec;”


To:


“The selected codec and other media parameters;”


(OMA-POC-2004-1143)

		



		2488

		2004.12.07

		CP 7.2.1.2

		Technical:


Add the following as the last paragraph:


“When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.”


(OMA-POC-2004-1143)

		



		2492

		2004.12.07

		CP 7.2.1.2

		Technical:


Clarify the structure and increase readability.


(OMA-POC-2004-1143)

		



		2503

		2004.12.07

		CP 7.2.1.2

		Technical:


The NOTE before the last paragraph in 7.2.1.4 should be copied also to 7.2.1.2 and 7.2.1.3. It should be normative text  as in step 11 of 7.2.1.5.


(OMA-POC-2004-1143)

		



		1029

		2004.12.01

		CP 7.2.1.3

		Technical: 


The Controlling PoC Function have to check maximum number of allowed participants (according to the RD) before accepting an INVITE or REFER. A bullet need to be added in the subclause.


(OMA-POC-2004-1104)

		



		1034

		2004.12.01

		CP 7.2.1.3

		Technical: 


The first paragraph "Upon receiving an initial SIP INVITE request the PoC Server:" should be changed to "Upon receiving an initial SIP INVITE request with a Group Identity in the Request-URI identifying a Pre-arranged PoC Group the PoC Server:"


(OMA-POC-2004-1104)

		



		1035

		2004.12.01

		CP 7.2.1.3

		Technical: 


Change: IP address and port number at the PoC Client for the RTCP Session   to: IP address and port number at the PoC Client to be used for RTCP  [in 3 places]


(OMA-POC-2004-1104)

		



		1169

		2004.12.01

		CP 7.2.1.3

		Describe how the server reacts if PRACK needs to be generated (see callflow in D.4.2)


(OMA-POC-2004-1106)

		



		1453

		2004.12.06

		CP 7.2.1.3

		Technical:


For pre-arranged PoC group session setup, it appears there is missing step.  We should be allocating a group session identity here.  Suggest adding a step after existing Step 6 to this procedure as follows:  “6bis. allocate a Group Session Identity for the PoC Session;”.


(OMA-POC-2004-1116)

		



		1454

		2004.12.06

		CP 7.2.1.3

		Technical:


Bullet 5), specify SIP 4xx message.  Suggest changing to “SIP 403 Forbidden”.


(OMA-POC-2004-1116)

		



		1481

		2004.12.06

		CP 7.2.1.3

		Editorial:


Sentence describing receiving SIP 180 Ringing.  Add comma for clarity as follows: “… no SIP final response has been sent to the inviting PoC Client, the PoC Server” .


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1578

		2004.12.06

		CP 7.2.1.3

		Technical


SHALL validate that the Media Parameters are acceptable for the PoC Server and if not reject the request with a SIP 488 “Not Acceptable Here” response


Should the PoC Server include SDP in the 488 response to inform what codecs would be acceptable


(OMA-POC-2004-1118)

		



		1579

		2004.12.06

		CP 7.2.1.3

		Technical


The case of receiving a 408 Timeout or 480 “Temporarily Unavailable response n the Unconfirmed indication case


is not covered. 


Seems the right thing to do is send a BYE to the originating PoC Client, (or a Notify of the 4xx error in the combined Controling and Participating Server case


(OMA-POC-2004-1118)

		



		1581

		2004.12.06

		CP 7.2.1.3

		Technical 


iv. The selected Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol and optionally “tb-granted” indication as specified in C.3 “SDP Extensions”.


Modify to:


iv The selected Talk Burst Control Protocol and Talk Burst Parameters from those contained in the original  SDP offer from the PoC Client that were also contained in the SDP offer sent by the PoC Server or are supported by the PoC Server and can be translated by the PoC Server to those that were contained in the SDP offer sent by the PoC Server


v. optionally “tb-granted” indication as specified in C.3 “SDP Extensions”.


vi. the PoC server's port number for the Talk Burst Control Protocol.


This issue appears in three places in this subclause


(OMA-POC-2004-1118)

		



		2005

		2004.12.06

		CP 7.2.1.3

		Technical:


Add reference to the initiation policy into the bullet #8.


Nokia will contribute.


(OMA-POC-2004-1132)

		



		2006

		2004.12.06

		CP 7.2.1.3

		Technical:


Remove the reference to joining policy in step 5 and take it account in the next bullet after 8, which should be #9.  (See the next comment for clarification).


Nokia will contribute.


(OMA-POC-2004-1132)

		



		2007

		2004.12.06

		CP 7.2.1.3 

		Editorial:


Correct the structure of the subclause after step #8 to be:


9. if the group  has already an active PoC Session then PoC Server:


a. SHALL generate a SIP 200 "OK" response as specified in the 7.2.1.1 “General”. 


b. SHALL include a MIME SDP body in the SIP 200 “OK” response as the SDP answer according to rules and procedures of [RFC3264] and [RFC2327] with the following information


i. The IP address and port number at the PoC Server for the RTP Session;


ii. The selected codec; 


iii. If another IP address or port is used instead of the default IP address and port number, set the IP address and port number as specified in [RFC3550], at the PoC Server for the RTCP Session according to rules and procedures of [RFC3605].


iv. The selected Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol.


c. SHALL perform Talk Burst Control procedures as specified in [OMA-PoC-UP] "Controlling PoC Function procedures at PoC Session initialization".


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2008

		2004.12.06

		CP 7.2.1.3

		Editorial:


Change in bullet 5:


“4xx response” 


to 


“403 “Forbidden” response”. 


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2009

		2004.12.06

		CP 7.2.1.3

		Editorial:


Change :


“SIP xx, 5xx or 6xx final response” 


to 


“SIP 4xx, 5xx or 6xx final response”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor



		2010

		2004.12.06

		CP 7.2.1.3

		Technical:


Correct the sentence in the bullet 1 in the end of the subclause:


“The SIP final response SHALL include the Status-Code with the lowest value received from the Invited PoC User(s); or,”


It is better to leave this decision to the PoC Server.  In some cases it may be better to send something else than the lowest value.  


Nokia will contribute.


(OMA-POC-2004-1132)

		



		244 (242)

		2004.11.30

		CP 7.2.1.3

		Add "and not having received a SIP 183 “Session progress” before" after “Upon receiving a SIP 200 "OK" response.


(OMA-POC-2004-1091)

		[2004.12.01]


Condition is already covered in other text in this same subclause. -- Commentator withdrawn.



		2485

		2004.12.07

		CP 7.2.1.3

		Technical:


Because there may be other media parameters, make the following changes in step ii/b (several places)


Change:


“The selected codec;”


To:


“The selected codec and other media parameters;”


(OMA-POC-2004-1143)

		



		2489

		2004.12.07

		CP 7.2.1.3

		Technical:


Add the following as the last paragraph:


“When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.”


(OMA-POC-2004-1143)

		



		2493

		2004.12.07

		CP 7.2.1.3

		Technical:


Clarify the structure and increase readability.


(OMA-POC-2004-1143)

		



		2494

		2004.12.07

		CP 7.2.1.3

		Technical:


In the step 2 Group Session Identity is missing (joining case). Is it possible to recognize Group Session Identity with the specification in step 2c of 7.1?


(OMA-POC-2004-1143)

		



		2496

		2004.12.07

		CP 7.2.1.3

		Technical:


Should not continue to step 3 from step 2 in error case.


(OMA-POC-2004-1143)

		



		2498

		2004.12.07

		CP 7.2.1.3

		Technical:


In step 5 Pre-arranged PoC Group Session set-up case is missing (only joining mentioned).


(OMA-POC-2004-1143)

		



		2499

		2004.12.07

		CP 7.2.1.3

		Technical/Editorial:


The step 2)iii under “if the group has …” is not aligned with other similar instances (e.g. in step 2)iii. under 183 response receiving).


(OMA-POC-2004-1143)

		



		2500

		2004.12.07

		CP 7.2.1.3

		Editorial:


There are many same steps in 7.2.1.2 and 7.2.1.3. They should be aligned to increase readability.


(OMA-POC-2004-1143)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: TBD (major edit --contribution needed)



		2501

		2004.12.07

		CP 7.2.1.3

		Technical:


Should set-up and joining case be separate sub-clauses? In joining case no 180, 183 nor 200 response has to be waited. Joining case is described also in 7.2.1.4. Evidently these 


(OMA-POC-2004-1143)

		



		2504

		2004.12.07

		CP 7.2.1.3

		Technical:


The NOTE before the last paragraph in 7.2.1.4 should be copied also to 7.2.1.2 and 7.2.1.3. It should be normative text  as in step 11 of 7.2.1.5.


(OMA-POC-2004-1143)

		



		1030

		2004.12.01

		CP 7.2.1.4

		Technical: 


The Controlling PoC Function have to check maximum number of allowed participants (according to the RD) before accepting an INVITE or REFER. A bullet need to be added in the subclause.


(OMA-POC-2004-1104)

		



		1036

		2004.12.01

		CP 7.2.1.4

		Editorial:


Bullet 6 C) change to 6 c)


(OMA-POC-2004-1104)

		JW: Fixed



		1037

		2004.12.01

		CP 7.2.1.4

		Technical: 


Change: IP address and port number at the PoC Client for the RTCP Session   to: IP address and port number at the PoC Client to be used for RTCP 


(OMA-POC-2004-1104)

		



		1171

		2004.12.01

		CP 7.2.1.4

		The <max-participant-count> parameter stored in PoC XDMS should be checked here.


(OMA-POC-2004-1106)

		



		1173

		2004.12.01

		CP 7.2.1.4

		Change “Group Identity of an active PoC Session” to “PoC session identity” which defines an active instance of a session and is received in the contact during initial session setup


(OMA-POC-2004-1106)

		



		1174

		2004.12.01

		CP 7.2.1.4

		According to CPCP draft the <provide-anonymity> transformation is used as a pre-configured request for privacy. This element can probably not be used as action to refuse privacy.


(OMA-POC-2004-1106)

		



		1455

		2004.12.06

		CP 7.2.1.4

		Technical:


Bullet 3), specify SIP 4xx message.  Suggest changing to “SIP 403 Forbidden”.


(OMA-POC-2004-1116)

		



		1584

		2004.12.06

		CP 7.2.1.4

		Technical 


iv. The selected Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol and optionally “tb-granted” indication as specified in C.3 “SDP Extensions”.


Modify to:


iv The selected Talk Burst Control Protocol and Talk Burst Parameters from those contained in the original  SDP offer from the PoC Client that were also contained in the SDP offer sent by the PoC Server or are supported by the PoC Server and can be translated by the PoC Server to those that were also contained in the SDP offer sent by the PoC Server


v. optionally “tb-granted” indication as specified in C.3 “SDP Extensions”.


vi. the PoC server's port number for the Talk Burst Control Protocol.


(OMA-POC-2004-1118)

		



		2012

		2004.12.06

		CP 7.2.1.4

		Editorial:


Change in the first sentence:


“…a Group Identity of the an active PoC Session …” 


To


“... an identity of the an active PoC Session …”  


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2013

		2004.12.06

		CP 7.2.1.4

		Technical:


Change in the 3. bullet :


“SIP 4xx response” to “SIP 403 “Forbidden” response”.


(OMA-POC-2004-1132)

		



		2014

		2004.12.06

		CP 7.2.1.4

		Editorial:


Align in the 6. bullet “OK”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2015

		2004.12.06

		CP 7.2.1.4

		Editorial:


Change in the bullet 6: “C)” to “c)”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2016

		2004.12.06

		CP 7.2.1.4

		Technical:


Add bullet (as in 7.2.1.5) 


9. SHALL send a notification to the PoC Addresses of the PoC Group members who have subscribed conference state event package that a PoC Group member has joined in the PoC Group Session as specified in subclause 7.2.1.11.2 “Generating a SIP NOTIFY request”.


(OMA-POC-2004-1132)

		



		2486

		2004.12.07

		CP 7.2.1.4

		Technical:


Because there may be other media parameters, make the following changes in step ii/b (several places)


Change:


“The selected codec;”


To:


“The selected codec and other media parameters;”


(OMA-POC-2004-1143)

		



		2502

		2004.12.07

		CP 7.2.1.4

		Technical:


The NOTE before the last paragraph in 7.2.1.4 should be copied also to 7.2.1.2 and 7.2.1.3. It should be normative text  as in step 11 of 7.2.1.5.


(OMA-POC-2004-1143)

		



		1031

		2004.12.01

		CP 7.2.1.5

		Technical: 


The Controlling PoC Function have to check maximum number of allowed participants (according to the RD) before accepting an INVITE or REFER. A bullet need to be added in the subclause.


(OMA-POC-2004-1104)

		



		1038

		2004.12.01

		CP 7.2.1.5

		Technical: 


Change: IP address and port number at the PoC Client for the RTCP Session   to: IP address and port number at the PoC Client to be used for RTCP 


(OMA-POC-2004-1104)

		



		1039

		2004.12.01

		CP 7.2.1.5

		Editorial: 


Last part of Bullet 8 a) iv. Is not indented correctly


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1175

		2004.12.01

		CP 7.2.1.5

		According to CPCP draft the <provide-anonymity> transformation is used as a pre-configured request for privacy. This element can probably not be used as action to refuse privacy.


(OMA-POC-2004-1106)

		



		1482

		2004.12.06

		CP 7.2.1.5

		Editorial:


Bullet 11.  clarify the type of PoC Group being referred to in this sentence.  Suggest wording as follows: “11. SHALL send a notification to the PoC Addresses of the Chat PoC Group members who have subscribed conference state event package that a Chat PoC Group member has joined in the PoC Group Session”.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1587

		2004.12.06

		CP 7.2.1.5

		Technical 


iv. The selected Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol and optionally “tb-granted” indication as specified in C.3 “SDP Extensions”.


Modify to:


iv The selected Talk Burst Control Protocol and Talk Burst Parameters from those contained in the original  SDP offer from the PoC Client that were also contained in the SDP offer sent by the PoC Server or are supported by the PoC Server and can be translated by the PoC Server to those that were also contained in the SDP offer sent by the PoC Server


v. optionally “tb-granted” indication as specified in C.3 “SDP Extensions”.


vi. the PoC server's port number for the Talk Burst Control Protocol.


(OMA-POC-2004-1118)

		



		2017

		2004.12.06

		CP 7.2.1.5

		Editorial:


In bullet 8.a) iv correct the tabulation in the second line.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2018

		2004.12.06

		CP 7.2.1.5

		Editorial:


Add reference in the end of the bullet 11: 


… as specified in subclause 7.2.1.11.2 “Generating a SIP NOTIFY request”. 


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2487

		2004.12.07

		CP 7.2.1.5

		Technical:


Because there may be other media parameters, make the following changes in step ii/b (several places)


Change:


“The selected codec;”


To:


“The selected codec and other media parameters;”


(OMA-POC-2004-1143)

		



		2497

		2004.12.07

		CP 7.2.1.5

		Technical:


Should not continue to step 3 from step 2 in error case.


(OMA-POC-2004-1143)

		



		2549

		2004.12.07

		CP 7.2.1.5

		Technical:


Authenticated Originator’s PoC Address is missing in response (200 OK).


(OMA-POC-2004-1146)

		



		1040

		2004.12.01

		CP 7.2.1.6

		Editorial: 


chat Session --> Chat PoC Group Session, Chat PoC group --> Chat PoC Group


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1041

		2004.12.01

		CP 7.2.1.6

		Editorial: 


rephrase "authe nticated originated originatoräs"  to whatever it should be.


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1042

		2004.12.01

		CP 7.2.1.6

		Editorial: 


PoC Participant not defined use Participant


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1043

		2004.12.01

		CP 7.2.1.6

		Editorial: 


chat Session not defined use Chat PoC group Session


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1044

		2004.12.01

		CP 7.2.1.6

		Editorial: 


Chat PoC group -> Chat PoC Group


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1045

		2004.12.01

		CP 7.2.1.6

		Editorial: 


Typo: PoC Adrress -> PoC Address


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1177

		2004.12.01

		CP 7.2.1.6

		Please remove phrase “are members of the pre-arranged group” and “are members of the Chat PoC group”.


It’s confusing. The authorization is based on the <join-handling> action only. There are no member lists defined.


(OMA-POC-2004-1106)

		



		1491

		2004.12.06

		CP 7.2.1.6

		PoC Session joining policy for Pre-arranged PoC Groups is incorrectly associated with “members of the pre-arranged group”.


Motorola will provide contribution.


(OMA-POC-2004-1117)

		



		1492

		2004.12.06

		CP 7.2.1.6

		PoC Session joining policy for Chat PoC Groups is incorrectly associated with “members of the Chat PoC group”.


Motorola will provide contribution.


(OMA-POC-2004-1117)

		



		2505

		2004.12.07

		CP 7.2.1.6

		Technical:


Evidently the joining policy for Unrestricted Chat PoC Group is missing.


Should there be joining policy also for Unrestricted Pre-arranged Group? 


(OMA-POC-2004-1143)

		



		2506

		2004.12.07

		CP 7.2.1.6

		Editorial:


Proposal: Make the following changes:


Change:


The PoC Server performing the Controlling PoC Function SHALL allow only those PoC Users to join in the Pre-arranged PoC Session that it hosts who


-
are members of the pre-arranged group i.e. authenticated originators PoC Adrress of the joining user matches to the authorization rule allowing <join-handling> action as specified  in [POC XDM Specification].


The PoC Server performing the Controlling PoC Function SHALL allow only those PoC Users to join in the chat Session that it hosts who


are members of the Chat PoC group i.e. authe nticated originated originatoräs PoC Address of joining user matches to the authorization rule allowing <join-handling> action as specified in [POC XDM Specification].


To:


The PoC Server performing the Controlling PoC Function SHALL allow only those PoC Users to join in the Pre-arranged PoC Group Session that it hosts who


are members of the Pre-arranged PoC Group i.e. Authenticated Originator’s PoC Address of the joining User matches to the authorization rule allowing <join-handling> action as specified  in [POC XDM Specification].


The PoC Server performing the Controlling PoC Function SHALL allow only those PoC Users to join in the Chat PoC Group Session that it hosts who


are members of the Chat PoC Group i.e. Authenticated Originator’s PoC Address of the joining User matches to the authorization rule allowing <join-handling> action as specified in [POC XDM Specification].


(OMA-POC-2004-1143)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1588

		2004.12.06

		CP 7.2.1.7

		Technical


1. SHALL validate that the new Media Parameters are acceptable by the PoC Server and if not reject the request with a SIP 406 “Not Acceptable” response. Otherwise, continue with the rest of the steps;


406 "Not Acceptable" is not an acceptable response here. 406 means that the body MIME type is not acceptable.


Change to SIP 488 "Unacceptable Here" response. Do we include SDP in the body of the 488 response that indicates what media parameters would be acceptable?


(OMA-POC-2004-1118)

		



		1589

		2004.12.06

		CP 7.2.1.7

		Editorial:


b) send a SIP 200 "OK"  response to the SIP/IP Core along the signalling path.


Modify to


b) send the SIP 200 "OK"  response to the SIP/IP Core along the signalling path.


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2019

		2004.12.06

		CP 7.2.1.7

		Editorial:


Correct in the NOTEby adding a space: “… Media Parametersof …” to 


“… Media Parameters of”


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2020

		2004.12.06

		CP 7.2.1.7

		Technical:


Change the reject code in the first bullet from “SIP 406 “Not Acceptable”” to “SIP 488 “Not Acceptable Here””.


(OMA-POC-2004-1132)

		



		2490

		2004.12.07

		CP 7.2.1.7

		Technical:


Add the following as the last paragraph:


“When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.”


(OMA-POC-2004-1143)

		



		1032

		2004.12.01

		CP 7.2.1.8

		Technical: 


The Controlling PoC Function have to check maximum number of allowed participants (according to the RD) before accepting an INVITE or REFER. A bullet need to be added in the subclause.


(OMA-POC-2004-1104)

		



		1046

		2004.12.01

		CP 7.2.1.8

		Technical: 


Bullet 3 can be removed since the Controlling PoC Server has no control over individual PoC Users. This check is done in the Participating PoC function.


(OMA-POC-2004-1104)

		



		1047

		2004.12.01

		CP 7.2.1.8

		Should the access rules be applied when adding PoC participants to Poc session request ?


(OMA-POC-2004-1104)

		



		1048

		2004.12.01

		CP 7.2.1.8

		SIP/IP core --> SIP/IP Core in 2 places


(OMA-POC-2004-1104)

		JW: Fixed



		1172

		2004.12.01

		CP 7.2.1.8

		The <max-participant-count> parameter stored in PoC XDMS should be checked here.


(OMA-POC-2004-1106)

		



		1176

		2004.12.01

		CP 7.2.1.8

		According to CPCP draft the <provide-anonymity> transformation is used as a pre-configured request for privacy. This element can probably not be used as action to refuse privacy.


(OMA-POC-2004-1106)

		



		1483

		2004.12.06

		CP 7.2.1.8

		Editorial:


Note after bullet 7.  Spelling error, should be “subscription”, not “sunbscription”


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1590

		2004.12.06

		CP 7.2.1.8

		Technical:


Upon receiving a SIP REFER request with the method parameter set to “INVITE” the PoC Server: 


This text duplicates that in 7.3.1.5 but is needed when Acting as Controling function.


Also text is incorrect and should be modified to: 


"Upon receiving a SIP REFER request without a “method” uri-parameter in the URI in the Refer-To header or with the URI containing the uri parameter “method”=INVITE” the PoC Server:"


PROPOSAL Split out this subclause to contain a general " SIP REFER request received" subclause that references this text (Similar to 7.3.1.8)


Contribution Required


(OMA-POC-2004-1118)

		



		1591

		2004.12.06

		CP 7.2.1.8

		Technical:


5. SHALL check whether the "method" parameter is set to "INVITE" and if it is set; then the PoC Server


This text duplicates that in the first line.


Delete this part of bullet 5. 


(OMA-POC-2004-1118)

		



		1592

		2004.12.06

		CP 7.2.1.8

		Technical


Upon receiving a SIP 406 “Not Acceptable” response with the text "isfocus already assigned" in the Warning header, the PoC Server SHALL send the PoC Client a SIP NOTIFY request containing at least a SIP response Status-Line, Warning and To headers as specified in this subclause.


406 "Not Acceptable" is not an acceptable response here. 406 means that the body MIME type is not acceptable.


Modify to: use SIP 403 "Forbidden" response


(OMA-POC-2004-1118)

		



		1594

		2004.12.06

		CP 7.2.1.8

		Technical:


Nothing is mentioned about the Contact header in the NOTIFY. Do we include the +g.poc.talkburst feature-tag in the contact? Presumably the URI in the Contact is the same pre-established Session Identity as was in the R-URI of the REFER.


Contribution Required?


(OMA-POC-2004-1118)

		



		1595

		2004.12.06

		CP 7.2.1.8

		Technical:


We require that the To Header from the response is inserted in the sipfrag body of the NOTIFY but we never define what the To header is set to in the INVITE that goes to the destination network. If the PoC client is to use this To header in the sipfrag to identify the joiner. We don’t state anywhere filling in the To header with the value of the destination PoC Address.


Wouldn’t it be better to have the Originator's Authenticated PoC Address (P-Asserted-Identity in IMS) header referred to here and inserted in the sipfrag?


Contribution Required 


(OMA-POC-2004-1118)

		



		1596

		2004.12.06

		CP 7.2.1.8

		Technical


The PoC Server MAY terminate the implicit subscription created by the SIP REFER request and indicate the termination to the PoC Client according to rules and procedures of [RFC3265] and [RFC3515].


Modify to:


"After the SIP final response is received the PoC Server MAY terminate the implicit subscription created by the SIP REFER request and indicate the termination to the PoC Client according to rules and procedures of [RFC3265] and [RFC3515]."


(OMA-POC-2004-1118)

		



		1597

		2004.12.06

		CP 7.2.1.8

		Editorial:


Two bullets c)


correct


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1951

		2004.12.06

		CP 7.2.1.8

		Editorial:


Remove "n" in "sunbscription" below.


“A SIP REFER request according to rules and procedures of [RFC3515] is an implicit subscription to event refer. A SIP REFER request according to rules and procedures of [draft-multiple-refer] is also an implicit sunbscription to event refer in case only one PoC User is invited and “norefersub” option-tag is missing in the Require header.”


(OMA-POC-2004-1128)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2021

		2004.12.06

		CP 7.2.1.8

		Editorial:


Correcting the spelling error in NOTE:


“sunbscription” to “subscription”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2022

		2004.12.06

		CP 7.2.1.8

		Technical:


Add bullet (as in 7.2.1.5) 


8. SHALL send a notification to the PoC Addresses of the PoC Group members who have subscribed conference state event package that a PoC Group member has joined in the PoC Group Session as specified in subclause 7.2.1.11.2 “Generating a SIP NOTIFY request”.


(OMA-POC-2004-1132)

		



		2322

		2004.12.07

		CP 7.2.1.8

		Technical


This section needs to also add users for the case of pre-arranged and chat group, but there is no such mention.  This edit adds a note to that effect. 


5. SHALL check whether the "method" parameter is set to "INVITE" and if it is set; then the PoC Server SHALL extract the PoC Address(es) of the PoC User(s) to be invited  either:


a) from the Refer-To header according to rules and procedures of [RFC3515] 


Add:


(Note: in addition to a single participant, this includes all the users of a pre-arranged group, which is identified by the session URI parameter with value of "prearranged", or to just the originator of the REFER in the case of a chat group, which is identified by the session URI  parameter of value"chat");


b) from the MIME resource-list body according to rules and procedures of [draft-multiple-refer]; 


(OMA-POC-2004-1139)

		



		2324

		2004.12.07

		CP 7.2.1.8 

		It is possible for a pre-established mobile to originate a PoC session to a terminating mobile in the manual mode.  Section 7.2.1.8 specifies the INVITE that the CF sends to the terminating PF per 7.2.2.2.


Section 7.3.2.2.3 then specifies terminating PF use manual mode; the terminating PF subsequently sends a 180 to the CF when the terminating PF receives a 180 from the terminating PoC client. The formulation of that 180 is per 7.3.2.1.


Section 7.2.2.2 specifies then the handling of the 180 at the CF is per 7.2.1.  


However, 7.2.1 is an empty section.


Alternatively, 7.2.1 may be viewed as containing all the sections of 7.2.1, which includes 7.2.1.8. 


The Lucent reviewer has run out of time to propose edits… 


(OMA-POC-2004-1139)

		



		245 (243)

		2004.11.30

		CP 7.2.1.8

		1. MAO should be authorized in the originators participating PoC server, as this is the only server which knows if this e.g. premium service is allowed for a certain user (This needs no XDM interaction).


2. Therefore only authorized MAO requests will arrive at the controlling PoC, which should just copy the MAO indication out of a received request into a new generated request (controlling PoC server has no initiating or terminating subscriber specific information)


3. Additionally the terminating participating PoC server should check based on the terminating PoC subscribers XDM settings, if MAO is allowed for a certain initiating subscriber.


To summarize:


1. Participating checks if MAO is allowed


2. Controlling just copies MAO in new generated request


Item 3 is well described, where as Item 1 and 2 are mixed up in the actual CP specification.


This is the first comment to get this aligned.


Delete bullet 3 regarding authorization of MAO, which is already done in 7.3.1.5 in the participating PoC server:


Copying of MAO is done in 7.2.2.2 which is referenced by 7.2.1.8 in bullet 8


(OMA-POC-2004-1091)

		[2004.12.03]


Valid comment.


AI: contribution assigned to Siemens



		2507

		2004.12.07

		CP 7.2.1.8

		Technical:


REFER is sent in a new SIP dialog in case pre-established session is used. In that case Accept-Contact etc shall be checked.


Does it work when sent inside a SIP dialog in on-demand case when Participating Server is acting as B2BUA, because the Contact address received by the Client is combination of controlling and participating address? Do we need more specification to prevent Participating Server to handle the REFER request in that case?


(OMA-POC-2004-1143)

		



		2508

		2004.12.07

		CP 7.2.1.8

		Technical:


In step 3: INVITE --> REFER


(OMA-POC-2004-1143)

		



		2509

		2004.12.07

		CP 7.2.1.8

		Technical:


Clarify step 6.


(OMA-POC-2004-1143)

		



		2510

		2004.12.07

		CP 7.2.1.8

		Technical:


In step 7 do we need to check whether only one PoC user is invited? According to the [draft-multiple-refer] inserting “norefersub” is a must when inviting multiple users. 


(OMA-POC-2004-1143)

		



		2511

		2004.12.07

		CP 7.2.1.8

		Technical:


Sending NOTIFY under “Upon receiving a SIP 406 …” should evidently be depend on the usage of “norefersub” option tag.


(OMA-POC-2004-1143)

		



		2512

		2004.12.07

		CP 7.2.1.8

		Technical:


Evidently the following is missing:


“SHALL send a notification to the PoC Addresses of the PoC Group members who have subscribed conference state event package that a PoC Group member(s) has joined in the PoC Group Session.”


(OMA-POC-2004-1143)

		



		300 (297)

		2004.11.30

		CP 7.2.1.8

		Technical:


When REFER is received according to [draft-multiple-refer] how the originating PoC User gets information that one (or more) of the URIs in the resource-list was URI of a Pre-arranged or Chat Group. SIP NOTIFY is not sent. Subscription to conference state event package doesn’t help.


(OMA-POC-2004-1093)

		[2004.12.03]


Validity questioned at this time. 


Issue is not included in PoC-1



		1049

		2004.12.01

		CP 7.2.1.9.1

		SIP/IP core --> SIP/IP Core in 2 places


(OMA-POC-2004-1104)

		JW: Fixed



		1456

		2004.12.06

		CP 7.2.1.9.1

		Technical:


This procedure should include the verification of the originator’s PoC address.  Suggest including a step as follows: “SHALL perform the actions to verify the Authenticated Originators PoC Address of the PoC Client and authorize the request and if it is not authorized the PoC Server SHALL return a  SIP 403 “Forbidden” response;”.


(OMA-POC-2004-1116)

		



		1598

		2004.12.06

		CP 7.2.1.9.1

		Technical


4. SHALL send a notification to the PoC Addresses of the PoC Group members who have subscribed to the conference state event package that a PoC Group member has left the PoC Group Session.


Add reference 


"as specified in subclause 7.2.1.11.2 "Generating a SIP NOTIFY request"


(OMA-POC-2004-1118)

		



		2023

		2004.12.06

		CP 7.2.1.9.1

		Technical:


Add reference to the termination policy in the bullet 3 by changing:


3. SHALL check PoC Session termination policy and perform for each Participant of the PoC Session  the procedures as specified in the sub-clause 7.2.2.4 “Remove of PoC Participant from the PoC Session”, if needed;


to


3. SHALL check PoC Session termination policy as specified in the subclause 7.2.1.16 “Session termination policy” and perform for each Participant of the PoC Session  the procedures as specified in the sub-clause 7.2.2.4 “Remove of PoC Participant from the PoC Session”, if needed;


(OMA-POC-2004-1132)

		



		2024

		2004.12.06

		CP 7.2.1.9.1

		Editorial:


Add reference in the end of the bullet 4: 


… as specified in subclause 7.2.1.11.2 “Generating a SIP NOTIFY request”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1484

		2004.12.06

		CP 7.2.1.9.2

		Editorial:


Bullet 3, sub-bullet 3a), and sub-bullet 3b). Clarify the meaning of the word identity.  Suggest changing the wording for Bullet 3 as follows: “- 3. SHALL extract the identity attribute from the Refer-To header and”.   Suggest changing the wording for sub-bullet 3a) as follows: “a) if the identity attribute is an identity of an existing PoC Session and the originator is participating in the PoC Session  then the PoC Server:”.  Suggest changing the wording for sub-bullet 3b) as follows: “b) if the identity attribute is not an identity of an existing PoC Session or the originator is not participating in the PoC Session  then the PoC Server:”.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1599

		2004.12.06

		CP 7.2.1.9.2

		Technical


Upon receiving from the PoC Client a SIP REFER request with the method parameter set to value “BYE” in the Refer-To header the PoC Server: 


1. SHALL perform the actions to verify the Authenticated Originators PoC Address of the PoC Client and authorize the request and if it is not authorized the PoC Server SHALL return a  SIP 403 “Forbidden” response;


This text should be covered in a new subclause as proposed in a comment on 7.2.1.8


PROPOSAL Split out this text to a new general " SIP REFER request received" subclause that references this 7.2.1.9.2 (Similar to 7.3.1.8)


Also Modify wording to:


Upon receiving from the PoC Client a SIP REFER request with the URI in Refer-To header containing the uri parameter “method”=BYE” the PoC Server:"


Contribution Required 


(OMA-POC-2004-1118)

		



		1600

		2004.12.06

		CP 7.2.1.9.2

		Technical


3. SHALL extract identity from the Refer-To header and 


a) if the identity is an identity of an existing PoC Session and the originator is participating in the PoC Session  then the PoC Server 


b) if the identity is not an identity of an existing PoC Session or the originator is not participating in the PoC Session  then the PoC Server:


Modify to:


3. SHALL examine the URI in the Refer-To header and 


a) if the URI is an identity of an existing PoC Session and the originator is participating in the PoC Session  then the PoC Server 


b) if the URIis not an identity of an existing PoC Session or the originator is not participating in the PoC Session  then the PoC Server:


(OMA-POC-2004-1118)

		



		1601

		2004.12.06

		CP 7.2.1.9.2

		Technical


4. SHALL send SIP NOTIFY request(s) concerning the SIP REFER request according to rules and procedures of [RFC3515]


This does not have a similar level of detail as 7.3.1.5 in terms of the Notify and sipfrag contents and subscription state termination.


Contribution Required


(OMA-POC-2004-1118)

		



		1602

		2004.12.06

		CP 7.2.1.9.2

		Technical


Upon receiving a SIP BYE request within a Pre-established Session the PoC Server:


1. SHALL perform for every Participant of the PoC Session (except for the owner of the Pre-established Session) the procedures as specified in subclause 7.2.2.4 “Remove of PoC Participant from the PoC Session”:


2. SHALL remove the owner from the PoC Session by performing the procedures as specified in subclause 7.3.2.6.2 “BYE request – on pre-established case”;


3. SHALL send a notification of the current state of the PoC Session terminating the existing subscription to the conference state event package for each PoC Address of the PoC Group members who have subscribed conference state event package, as specified in subclause 7.2.1.10 “PoC Session Participant Information Request”;


The above text is a different function to the rest of this subclause.


Proposal move to a new subclause


7.2.1.9.3 SIP BYE request received within a Pre-established Session


And replace reference to 7.2.1.10 “PoC Session Participant Information Request”;


With 


7.2.1.11.2 “Generating a SIP NOTIFY request”;


(OMA-POC-2004-1118)

		



		2025

		2004.12.06

		CP 7.2.1.9.2

		Editorial:


Add reference to the termination policy in the bullet 3.a) ii by changing:


ii. SHALL check the PoC Session termination policy and perform for each Participant of the PoC Session  (except for the owner of the Pre-established Session) the procedures specified in subclause 7.2.2.4 “Remove of PoC Participant from the PoC Session”, if needed;


ii. SHALL check the PoC Session termination policy as specified in the subclause 7.2.1.16 “Session termination policy” and perform for each Participant of the PoC Session  (except for the owner of the Pre-established Session) the procedures specified in subclause 7.2.2.4 “Remove of PoC Participant from the PoC Session”, if needed;


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2026

		2004.12.06

		CP 7.2.1.9.2

		Editorial:


Add reference to the subscription termination policy by changing the bullet 3. a) iv :


iv. SHALL check the subscription termination policy and for each PoC Address of the PoC Group members (except the owner of the Pre-established Session) terminate the existing subscription to the conference state event package, if needed;


to


iv. SHALL check the subscription termination policy as specified in the the subclause 7.2.1.11.3 “Terminating the subscription” and for each PoC Address of the PoC Group members (except the owner of the Pre-established Session) terminate the existing subscription to the conference state event package, if needed;


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2027

		2004.12.06

		CP 7.2.1.9.2

		Editorial:


Correct the subclause reference in the bullet 3 after receiving the SIP BYE (wrong number and put reference to more detailed subclause):


3. SHALL send a notification of the current state of the PoC Session terminating the existing subscription to the conference state event package for each PoC Address of the PoC Group members who have subscribed conference state event package, as specified in subclause 7.2.1.10 “PoC Session Participant Information Request”;


to


3. SHALL send a notification of the current state of the PoC Session terminating the existing subscription to the conference state event package for each PoC Address of the PoC Group members who have subscribed conference state event package, as specified in subclause 7.2.1.11.2 “Generating a SIP NOTIFY request”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2513

		2004.12.07

		CP 7.2.1.9.2

		Technical:


Step 4 should be dependent on “norefersub” option tag.


(OMA-POC-2004-1143)

		



		2514

		2004.12.07

		CP 7.2.1.9.2

		Technical/Editorial:


Would it be more readable to move the SIP BYE handling is separate sub-clause?


(OMA-POC-2004-1143)

		



		1050

		2004.12.01

		CP 7.2.2.1

		Editorial: 


Reference have wrong syntax [RFC 3841] change to [RFC3841]


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1051

		2004.12.01

		CP 7.2.2.1

		Editorial: 


Chat PoC group -> Chat PoC Group


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1052

		2004.12.01

		CP 7.2.2.1

		Editorial: 


1-1 and ad-hoc PoC Group Session --> 1-1 PoC Session and Ad-hoc PoC Group Session


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1053

		2004.12.01

		CP 7.2.2.1

		feature tag --> feature-tag


(OMA-POC-2004-1104)

		JW: Fixed



		1178

		2004.12.01

		CP 7.2.2.1

		In bullet (4b): The session type is not needed, just a differentiation between users and groups is needed.


(OMA-POC-2004-1106)

		



		1606

		2004.12.06

		CP 7.2.2.1

		Technical


5. SHALL include a Referred-By header with the PoC Address of the inviting PoC Client according to rules and procedures of [RFC3892];  


This only applies to Invitations generated in response to a REFER.


Contribution Required


(OMA-POC-2004-1118)

		



		1607

		2004.12.06

		CP 7.2.2.1

		Technical:


5. SHALL include in the Contact header the contact address of the conference with the PoC feature-tag '+g.poc.talkburst' and the feature tag “isfocus” and a Session Type uri-parameter set according to the type of the PoC Session.


Modify to:


5. SHALL include in the Contact header the contact address URI of the conference and include the Session Type uri-parameter "session=1-1” or "session=adhoc” or "session=pre-arranged” or “session=chat”, according to the type of the PoC Session as defined in C.5.1 “Session Type uri-parameter” along with the PoC feature-tag '+g.poc.talkburst' and the feature-tag “isfocus”


(OMA-POC-2004-1118)

		



		1608

		2004.12.06

		CP 7.2.2.1

		Technical:


No recommendation on use of the Allow header. This is needed so that support for Update Method can be learned.


Proposal 


Add a bullet:


SHOULD include an Allow header with all supported SIP methods. 


(OMA-POC-2004-1118)

		



		1609

		2004.12.06

		CP 7.2.2.1

		Technical


On receipt of the SIP 200 "OK" response to the initial outgoing SIP INVITE request the PoC Server SHALL start the SIP Session timer according to rules and procedures of [draft-ietf-sip-session-timer].


ACK is missing.


Add to the end of this sentence 


"and send a SIP ACK request according to rules and procedures of [RFC3261]"


(OMA-POC-2004-1118)

		



		2043

		2004.12.06

		CP 7.2.2.1

		Editorial:


Add space after [RFC 3841] in the bullet 1.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2044

		2004.12.06

		CP 7.2.2.1

		Editorial:


Change ad-hoc to Ad-hoc in the bullet 4. a).


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2045

		2004.12.06

		CP 7.2.2.1

		Editorial


Clarify in the bullet 6 that this is PoC Session Identity.


“SHALL include in the Contact header as PoC Session Identity the contact address of the conference … 


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2198

		2004.12.06

		CP 7.2.2.1

		The content of the FROM and Referred-By header is not clearly defined. This is especially is important when the caller required privacy.


In the case of using P-Asserted-Identity the FROM in the INVITE originated at the initiating PoC client could already be anonymous, if the network not supports P-Asserted-Identity the FROM of the initiating client will probably also be in the case of privacy the real Public ID.


Therefore in case of privacy the controlling PoC server should only insert anonymous IDs in Refered-by and FROM header.


The P-Asserted-Identity if available might just be copied because it will be deleted by the terminating SIP/IP core before sent to the terminating client.


(OMA-POC-2004-1138)

		



		2520

		2004.12.07

		CP 7.2.2.1

		Technical:


To increase readability of the step 6:


Change:


“6. SHALL include in the Contact header the contact address of the conference with the PoC feature-tag '+g.poc.talkburst' and the feature tag “isfocus” and a Session Type uri-parameter set according to the type of the PoC Session.”


To:


“6. SHALL include in the Contact header as PoC Session Identity the contact address of the conference with the PoC feature-tag '+g.poc.talkburst' and the feature tag “isfocus” and a Session Type uri-parameter set according to the type of the PoC Session.”


(OMA-POC-2004-1143)

		



		1054

		2004.12.01

		CP 7.2.2.2

		Technical: 


Change: IP address and port number at the PoC Client for the RTCP Session   to: IP address and port number at the PoC Client to be used for RTCP 


(OMA-POC-2004-1104)

		



		1055

		2004.12.01

		CP 7.2.2.2

		SIP/IP core --> SIP/IP Core in 2 places


(OMA-POC-2004-1104)

		JW: Fixed



		1610

		2004.12.06

		CP 7.2.2.2

		Technical


b) Set the supported codecs of the PoC Client


The PoC Server may be willing to do transcoding for the PoC Client and in this case needs to also offer a codec it can transcode to that supported by the PoC Client.


Modify:


b) The codecs offered by the PoC Client and optionally any additional codecs supported by the PoC Server that the PoC Server is able to transcode to a codec offered by the PoC Client.


(OMA-POC-2004-1118)

		



		1611

		2004.12.06

		CP 7.2.2.2

		Technical


d) The offered Talk Burst Control Protocol and the port number(s) for the Talk Burst Control Protocol.


Talk Burst parameters missing and needs clarification that  these must be a subset of those offered by the PoC Client in the Invite


Modify to: 


d) The offered Talk Burst Control Protocol, Talk Burst Parameters which must either be a subset of those contained in the original SDP offer or are supported by the PoC Server and can be translated by the PoC Server to those contained in the original SDP offer.


e) the port number(s) for the Talk Burst Control Protocol.


(OMA-POC-2004-1118)

		



		1612

		2004.12.06

		CP 7.2.2.2

		Technical


4.  SHALL,  if the incoming request contained a P-Alerting-Mode header containing the value "MAO" as specified in [draft-poc-p-headers] then perform authorisation to ensure that the Authenticated Originator's PoC Address is authorised to use the Manual Answer Override and if authorised then include a P-Alerting-Mode header with the value "MAO" according to the rules and procedures of [draft-poc-p-headers]


This check is in the wrong place should be in 7.3.1.1


Move bullet to 7.3.1.1


(OMA-POC-2004-1118)

		



		2046

		2004.12.06

		CP 7.2.2.2

		Editorial:


Move “.” after the referred subclause title name.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2047

		2004.12.06

		CP 7.2.2.2

		Technical:


Media parameters shall be taken account also.


Nokia to contribute.


(OMA-POC-2004-1132)

		



		2049

		2004.12.06

		CP 7.2.2.2

		Technical:


If PoC User is allowed to use MAO shall be checked in the originating participating PoC Function. 


Nokia to contribute.


(OMA-POC-2004-1132)

		



		2050

		2004.12.06

		CP 7.2.2.2

		Editorial:


Remove “ before the last paragraph (before the NOTE). 


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor



		2051

		2004.12.06

		CP 7.2.2.2

		Technical:


Re-structure the last paragraph and add bullet to cover anonymity request in 200 OK.


Nokia to contribute. 


(OMA-POC-2004-1132)

		



		2323

		2004.12.07

		CP 7.2.2.2

		For the case of automatic answer, the reception of the 183 at the CF is a trigger in the user plane for the originating PoC client to speak.  Therefore, the reception of the 183 at the CF should imply an interaction with the user plane.   


7.2.2.2, which appears prominently in 7.2.1.8, says:


Upon receiving a SIP 183 "Session Progress" response containing a Require header with the Option-tag '100rel' and containing a P-Answer-State header with the value "Unconfirmed" in response to the SIP INVITE request the PoC Server SHALL according to the rules and procedures of [RFC3262] send a SIP PRACK request to the other PoC Server according to rules and procedures of the SIP/IP core.


The above text should have the correct reference to the user plane, but the Lucent reviewer has run out of time to propose an edit…


(OMA-POC-2004-1139)

		



		2325

		2004.12.07

		CP 7.2.2.2

		It is possible for a pre-established mobile to originate a PoC session to a terminating mobile in the manual mode.  Section 7.2.1.8 specifies the INVITE that the CF sends to the terminating PF per 7.2.2.2.


Section 7.3.2.2.3 then specifies terminating PF use manual mode; the terminating PF subsequently sends a 180 to the CF when the terminating PF receives a 180 from the terminating PoC client. The formulation of that 180 is per 7.3.2.1.


Section 7.2.2.2 specifies then the handling of the 180 at the CF is per 7.2.1.  


However, 7.2.1 is an empty section.


Alternatively, 7.2.1 may be viewed as containing all the sections of 7.2.1, which includes 7.2.1.8. 


The Lucent reviewer has run out of time to propose edits… 


(OMA-POC-2004-1139)

		



		246 (244)

		2004.11.30

		CP 7.2.2.2

		Controlling PoC server should just copy received MAO indication and not perform any authorization. Authorization is already done in participating PoC server in chapter 7.3.1.4 for on-demand or 7.3.1.5 for per-established in case of 7.2.2.2 is referenced by 7.2.1.8.


“SHALL, if the incoming request contained a P-Alerting-Mode header containing the value "MAO" as specified in [draft-poc-p-headers] (then perform authorisation to ensure that the Authenticated Originator's PoC Address is authorised to use the Manual Answer Override and if authorised) then include a P-Alerting-Mode header with the value "MAO" according to the rules and procedures of [draft-poc-p-headers]”


Note: Inside ( ) deleted.


(OMA-POC-2004-1091)

		[2004.12.03]


Valid comment.


AI: contribution assigned to Siemens



		2491

		2004.12.07

		CP 7.2.2.2

		Technical:


Add the following as the last paragraph:


“When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of  [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.”


(OMA-POC-2004-1143)

		



		2521

		2004.12.07

		CP 7.2.2.2

		Technical:


Because there may be other media parameters, make the following changes in step 3b:


Change:


“b) set the supported codecs of the PoC Server,”


To:


“b) set the supported codecs and other media parameters of the PoC Server,”


(OMA-POC-2004-1143)

		



		2522

		2004.12.07

		CP 7.2.2.2

		Technical:


Clarify step 3c.


(OMA-POC-2004-1143)

		



		2523

		2004.12.07

		CP 7.2.2.2

		Technical:


Because several protocols may be offered, make the following changes in step 3d:


Change:


“d) The offered Talk Burst Control Protocol and the port number(s) for the Talk Burst Control Protocol.”


To:


“d) The offered Talk Burst Control Protocols and the port numbers for the Talk Burst Control Protocol.”


(OMA-POC-2004-1143)

		



		2052

		2004.12.06

		CP 7.2.2.3

		Technical:


The abbreviations UAC is used. It should be added in the subclause 3.3 Abbreviations.


(OMA-POC-2004-1132)

		



		1056

		2004.12.01

		CP 7.2.2.4

		Editorial: 


PoC Participant --> Participant in text and clause heading


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1057

		2004.12.01

		CP 7.2.2.4

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		JW: Fixed



		189 (189)

		2004.11.29

		CP 7.2.2.4

		Technical:


Checking of the PoC Session termination policies needs to be enhanced to indicate what is done according to the policy.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


AI: contribution assigned to Nokia.



		1486

		2004.12.06

		CP 7.2.2.5

		Editorial:


Second to last sentence, wording is not clear, suggest changing as follows:  “The PoC Server SHALL continue to use the current Media Parameters until it has received a SIP 200 “OK” response”.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2053

		2004.12.06

		CP 7.2.2.5

		Editorial:


Add space after Media Parameters in the first sentence.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2054

		2004.12.06

		CP 7.2.2.5

		Technical:


Clarify the bullet 1 after receiving the 200 OK, at this moment it is not understandable:


1. activate the new according to the new Media Parameters as specified in [OMA-PoC-UP] "User Plane adaptation".


(OMA-POC-2004-1132)

		



		2524

		2004.12.07

		CP 7.2.2.5

		Technical:


Clarify the step 1 after “Upon receipt of a SIP 200 …”


(OMA-POC-2004-1143)

		



		1058

		2004.12.01

		CP 7.2.2.6

		Editorial: 


Reference have wrong syntax [RFC 3841] change to [RFC3841]


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1059

		2004.12.01

		CP 7.2.2.6

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		JW: Fixed



		1495

		2004.12.06

		CP 7.2.x.x

		“PoC Group members” is a vague and undefined term.  Propose to globally change this to “PoC Group Session Participants”.


(OMA-POC-2004-1117)

		



		1060

		2004.12.01

		CP 7.3.1

		Editorial: 


Heading of clause change User to PoC User


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1061

		2004.12.01

		CP 7.3.1.1

		Editorial: 


Reference have wrong syntax [RFC 3841] change to [RFC3841]


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1062

		2004.12.01

		CP 7.3.1.1

		Editorial: 


Feature tag --> feature-tag


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1613

		2004.12.06

		CP 7.3.1.1

		Editorial:


1. SHALL forward the Privacy header if it exists towards the PoC Server performing the Controlling PoC Function according to rules and procedures of  [RFC3323] and [RFC3325]


Modify to:


1. SHALL if the incoming request contained a Privacy header include the Privacy header unmodified according to rules and procedures of  [RFC3323] and [RFC3325].


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1614

		2004.12.06

		CP 7.3.1.1

		Technical:


There is no "SHALL include a Server header with the PoC release version" in the 200 OK. Which is required if the 200 OK is the first response.


Contribution Required


(OMA-POC-2004-1118)

		



		1615

		2004.12.06

		CP 7.3.1.1

		Technical


need to add a bullets about sending a SIP ACK request according to rules and procedures of [RFC3261] in response to 200 OK


(OMA-POC-2004-1118)

		



		1616

		2004.12.06

		CP 7.3.1.1

		Editorial


7. SHOULD include the Allow header all the supported SIP methods.


Correct to:


7. SHOULD include an Allow header with all supported SIP methods. 


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1617

		2004.12.06

		CP 7.3.1.1

		Editorial


5. SHOULD include the Allow header with the supported SIP methods.


Correct to:


5. SHOULD include an Allow header with all supported SIP methods. 


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2055

		2004.12.06

		CP 7.3.1.1

		Editorial:


Change “PoC User” to “PoC Client” in the first sentence.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2056

		2004.12.06

		CP 7.3.1.1

		Editorial:


Change the sentence:


Upon receiving SIP provisional responses with the exception of the SIP 100 “Trying” response to the SIP INVITE request and if the PoC Server is acting as a B2BUA the PoC Server:


To


Upon receiving SIP provisional responses other than the SIP 100 “Trying” response to the SIP INVITE request and if the PoC Server is acting as a B2BUA the PoC Server:


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2057

		2004.12.06

		CP 7.3.1.1

		Editorial:


Remove the additional “-“ after step 6.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2550

		2004.12.07

		CP 7.3.1.1

		Technical:


Is the list valid and suitable also for proxy?


(OMA-POC-2004-1146)

		



		2551

		2004.12.07

		CP 7.3.1.1

		Technical:


What happens to the subscriptions done with the address generated in step 6 after the session is terminated?


(OMA-POC-2004-1146)

		



		1063

		2004.12.01

		CP 7.3.1.10.1

		SIP/IP core --> SIP/IP Core in 2 places


(OMA-POC-2004-1104)

		JW: Fixed



		1460

		2004.12.06

		CP 7.3.1.10.1

		Technical:


This procedure seems to require authentication of the PoC address.  Suggest adding a step as follows: “SHALL perform the actions to verify the Authenticated Originators PoC Address of the PoC Client and authorize the request and if it is not authorized the PoC Server SHALL return a  SIP 403 “Forbidden” response;”.


(OMA-POC-2004-1116)

		



		1461

		2004.12.06

		CP 7.3.1.10.2

		Technical:


This procedure seems to require authentication of the PoC address.  Suggest adding a step as follows: “SHALL perform the actions to verify the Authenticated Originators PoC Address of the PoC Client and authorize the request and if it is not authorized the PoC Server SHALL return a  SIP 403 “Forbidden” response;”.


(OMA-POC-2004-1116)

		



		190 (190)

		2004.11.29

		CP 7.3.1.10.2

		Technical:


The originating pre-arranged case should be covered under the bullet point 4.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


See [252]



		2077

		2004.12.06

		CP 7.3.1.10.2

		Editorial:


Change “Pre-established SIP Session” to “Pre-established Session” in the bullets 1, 3 and 4.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2078

		2004.12.06

		CP 7.3.1.10.2

		Editorial:


Change the subclause number in the reference to 7.2.1.9.2 in the bullet 3. a). 


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2079

		2004.12.06

		CP 7.3.1.10.2

		Technical:


Is the bullet 4 a,needed in the PoC Session release ?  REFER is always sent inside a dialog.


(OMA-POC-2004-1132)

		



		2080

		2004.12.06

		CP 7.3.1.10.2

		Editorial:


Align the “OK” in the sentence “Upon receiving a SIP 200 “OK” response …


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		252 (250)

		2004.11.30

		CP 7.3.1.10.2

		Also session setup of pre-arranged and chat group session has to be included here to solve the Editor’s Note, therefore include:


“4. in case of a PoC Session is established within Pre-established SIP Session [as specified in subclause 6.1.4.2.3 “PoC Client initiates a Pre-arranged or Chat PoC  Group Session” or] by sending a TBCP message as specified in [OMA-POC-UP] “Participating PoC function procedures at PoC session initialization”, the PoC Server”


… and delete the Editor’s Note


Note: Inside [ ] added.


(OMA-POC-2004-1091)

		[2004.12.01]


Valid comment.


See [190]


JW: Fixed



		1064

		2004.12.01

		CP 7.3.1.10.3

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		JW: Fixed



		1462

		2004.12.06

		CP 7.3.1.10.3

		Technical:


This procedure seems to require authentication of the PoC address.  Suggest adding a step as follows: “SHALL perform the actions to verify the Authenticated Originators PoC Address of the PoC Client and authorize the request and if it is not authorized the PoC Server SHALL return a  SIP 403 “Forbidden” response;”.


(OMA-POC-2004-1116)

		



		1489

		2004.12.06

		CP 7.3.1.10.3

		Editorial:


Bullet 1, sub-bullet a).  incorrect section reference number.  Should read “…subclause 7.2.1.9.2…”


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2081

		2004.12.06

		CP 7.3.1.10.3

		Technical:


Reword the bullet 2 to say:


“2. SHALL check if there is a PoC Session using  the Pre-established Session, but the PoC Session is controlled by another PoC Server, then the PoC Server:”


(OMA-POC-2004-1132)

		



		2082

		2004.12.06

		CP 7.3.1.10.3

		Editorial:


Align the “OK” in the sentence “Upon receiving a SIP 200 “OK” response …


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment. "OK"


AI: correction assigned to CP Editor JW: Fixed



		2083

		2004.12.06

		CP 7.3.1.10.3

		Editorial:


Add UP reference 


“as specified in [OMA-PoC-UP] “Participating PoC function procedures at PoC session termination””


to the bullet 2 after “Upon receiving a SIP 200 “OK” response …


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2319

		2004.12.07

		CP 7.3.1.10.3

		Technical


Should also mention "PoC Client Originates a Prearranged or Chat Group Session".


 in case of a PoC Session is established within a Pre-established SIP Session as specified in subclause 6.1.4.2.2 “PoC Client initiates an Ad-hoc PoC Group Session and 1-1 PoC Session” 


Add:


or PoC Client Originates a Prearranged or Chat Group Session


Continue:


, the PoC Server 


(OMA-POC-2004-1139)

		



		253 (251)

		2004.11.30

		CP 7.3.1.10.3

		Also session setup of pre-arranged and chat group session has to be included here:


“1. SHALL check if there is a PoC Session established within the Pre-established Session as specified in subclause 6.1.4.2.2 “PoC Client initiates an Ad-hoc PoC Group Session and 1-1 PoC Session” [or 6.1.4.2.3 “PoC Client initiates a Pre-arranged or Chat PoC  Group Session]. If there is then the PoC Server”


Note: Inside [ ] added.


(OMA-POC-2004-1091)

		[2004.12.03]


Valid comment.


The proposal was found inappropriate, needs correction.


AI: contribution assigned to Siemens



		1065

		2004.12.01

		CP 7.3.1.11

		Editorial: 


feature tag --> feature-tag


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1066

		2004.12.01

		CP 7.3.1.11

		Editorial: 


two ";" after bullet 2, remove one of them


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2084

		2004.12.06

		CP 7.3.1.12 and sub clauses

		Editorial:


Change “Simultaneous Sessions” to “Simultaneous PoC Sessions” several times.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1067

		2004.12.01

		CP 7.3.1.12.2

		Editorial: 


Session priority value --> PoC Session priority value in 5 places


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1179

		2004.12.01

		CP 7.3.1.12.2

		As defined in C.3.2 the “poc-group-scan” has value “normal” or “selected”.


In (2a) replace “0” → “normal”


In (2b) replace “1” → “selected”


(OMA-POC-2004-1106)

		



		1638

		2004.12.06

		CP 7.3.1.12.2

		Technical


1. SHALL validite that the the Session priority in the SDP offer is acceptable to Poc Server and if not reject the request with a SIP 488 “Not Acceptable Here” response. Otherwise, continue with the rest of the steps; 


Correct validate 


Do we include SDP in the body of the 488 response that indicates what media parameters would be acceptable?


(OMA-POC-2004-1118)

		



		1639

		2004.12.06

		CP 7.3.1.12.2

		Technical


2. SHALL check the Session priority value;


a) if the PoC Session priority value ‘poc-group-scan’ is 0 then the PoC Server SHALL set the Session priority to secondary, perform procedures specified in [OMA-PoC-UP] “Simultaneous PoC Session state diagram – per User”;


Need to cover the case when no poc-group-scan parameter is included


Modify to:


2. SHALL check the Session priority parameter if included in the SDP offer;


a) if the PoC Session priority parameter ‘poc-group-scan’ is 0 or no 'poc-group-scan' parameter is included then the PoC Server SHALL set the Session priority to secondary, perform procedures specified in [OMA-PoC-UP] “Simultaneous PoC Session state diagram – per User”;


(OMA-POC-2004-1118)

		



		1640

		2004.12.06

		CP 7.3.1.12.2

		Technical


3. SHALL remove the Session priority attribute in the SDP payload in case  the request will be forwarded to Controlling PoC Function


Modify to


3. SHALL remove the Session priority parameter in the SDP payload when the request is forwarded to Controlling PoC Function and the PoC Server supports the Session Priority.


(OMA-POC-2004-1118)

		



		1641

		2004.12.06

		CP 7.3.1.12.2

		Editorial


4. SHALL generate a SIP 200 "OK" containing the SDP answer that indicates the selected priority value.


Modify to 


4. SHALL generate a SIP 200 "OK" containing an SDP answer that indicates the selected priority parameter according to rules and procedures of [RFC2337] and [RFC3264].


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2085

		2004.12.06

		CP 7.3.1.12.2

		Editorial:


Change the first sentence “Upon receiving an INVITE or UPDATE or re-INVITE request containing the Session priority attribute as specified in C.3.2 “SDP Simultaneous Sessions MIME registration”in the SDP offer the PoC Server:”


To


“Upon receiving a SIP INVITE or SIP UPDATE or SIP re-INVITE request containing the PoC Session priority attribute as specified in C.3.1 “Talk Burst Control Protocol MIME registration” in the SDP offer the PoC Server:”


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2086

		2004.12.06

		CP 7.3.1.12.2

		Editorial:


Change “Session priority” to “PoC Session priority” several times.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2087

		2004.12.06

		CP 7.3.1.12.2

		Editorial:


Change “Poc” to “PoC” in the bullet 2. b).


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2088

		2004.12.06

		CP 7.3.1.12.2

		Editorial:


Change in the NOTE 1 “Seondary” to “secondary”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1068

		2004.12.01

		CP 7.3.1.12.3

		Editorial: 


Session priority value --> PoC Session priority value in 1 places


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1069

		2004.12.01

		CP 7.3.1.12.3

		Editorial: 


Poc Session locking --> PoC Session Locking in 2 places


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1180

		2004.12.01

		CP 7.3.1.12.3

		As defined in C.3.2 the “poc-lock” has value “lock” or “unlock”.


In (2a) replace “poc_lock” → “poc-lock” and “1” → “lock”


In (2b) replace “poc_lock” → “poc-lock” and “0” → “unlock


(OMA-POC-2004-1106)

		



		1181

		2004.12.01

		CP 7.3.1.12.3

		What’s the difference between (2a) and (2b)? In both cases the server follows the reference in [OMA-PoC-UP].


Perhaps these bullets can be merged.


(OMA-POC-2004-1106)

		



		1182

		2004.12.01

		CP 7.3.1.12.3

		In last paragraph and note 3 please replace “unlocked” → “unlock”.


(OMA-POC-2004-1106)

		



		1642

		2004.12.06

		CP 7.3.1.12.3

		Technical


1. SHALL validate that the Session priority in the SDP offer are acceptable to the PoC Server and if not reject the request with a SIP 488 “Not Acceptable Here” response. Otherwise, continue with the rest of the steps;


Do we include SDP in the body of the 488 response that indicates what media parameters would be acceptable?


(OMA-POC-2004-1118)

		



		1643

		2004.12.06

		CP 7.3.1.12.3

		Technical


2. SHALL check the Poc Session locking value;


a) if the PoC Session locking value ‘poc_ lock’  is 1 then the PoC Server SHALL perform procedures as specifed in [OMA-PoC-UP] “Simultaneous PoC Session state diagram – per User” ; 


b) if the PoC Session locking value ‘poc_lock’ is 0 then the PoC Server SHALL perform procedures as specified in [OMA-PoC-UP] “Simultaneous PoC Session state diagram – per User” 


Need to cover the case when no poc_lock parameter is included


2. SHALL check the Poc Session locking parameter if included in the SDP offer;


a) if the PoC Session locking parameter ‘poc_ lock’  is 1 or no 'poc_lock' parameter is included then the PoC Server SHALL perform procedures as specifed in [OMA-PoC-UP] “Simultaneous PoC Session state diagram – per User” ; 


b) if the PoC Session locking parameter ‘poc_lock’ is 0 then the PoC Server SHALL perform procedures as specified in [OMA-PoC-UP] “Simultaneous PoC Session state diagram – per User” 


And delete "The PoC Server SHALL set the locking value by default to "unlocked" if the PoC Client does not indicate the locking in the initial request." As it is now normatively covered unambiguously


(OMA-POC-2004-1118)

		



		1644

		2004.12.06

		CP 7.3.1.12.3

		Technical


3. SHALL remove the Poc Session locking attribute in the SDP payload in case the request will be forwarded to the PoC Server performing the Controlling PoC Function.


3. SHALL remove the Poc Session locking parameter in the SDP payload when the request is to the PoC Server performing the Controlling PoC Function and the PoC Server supports Session locking 


(OMA-POC-2004-1118)

		



		1645

		2004.12.06

		CP 7.3.1.12.3

		Editorial


4. SHALL generate a SIP 200 "OK" containing the SDP answer that indicates the selected locking parameter:


Modify to:


4. SHALL generate a SIP 200 "OK" containing the SDP answer that indicates the selected locking parameter according to rules and procedures of [RFC2337] and [RFC3264].


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2089

		2004.12.06

		CP 7.3.1.12.3

		Editorial:


Upon receiving an INVITE or UPDATE or re-INVITE request containing the Session locking attribute in the SDP offer as specified in C.3.2 “SDP Simultaneous Sessions MIME registration” the PoC Server:


To


Upon receiving a SIP INVITE or SIP UPDATE or SIP re-INVITE request containing the PoC Session locking attribute in the SDP offer as specified in C.3.1 “Talk Burst Control Protocol MIME registration” the PoC Server:


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2090

		2004.12.06

		CP 7.3.1.12.3

		Editorial:


Change “Poc” to “PoC” in the bullet 2.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2091

		2004.12.06

		CP 7.3.1.12.3

		Technical:


Add in the bullet 2. a) after SHALL


“set PoC Session locked and”. 


(OMA-POC-2004-1132)

		



		2092

		2004.12.06

		CP 7.3.1.12.3

		Technical:


Add in the bullet 2. b) after SHALL


“set PoC Session unlocked and”. 


(OMA-POC-2004-1132)

		



		2093

		2004.12.06

		CP 7.3.1.12.3

		Editorial:


Change in the NOTE 3 “lockin” to “locking”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2094

		2004.12.06

		CP 7.3.1.13

		Technical:


Clarify when the issue in the NOTE happens.   Is the idea that after a timeout no-response is interpreted as a 200 “OK” ?


Should we add that “according to [RFC3261]”.


(OMA-POC-2004-1132)

		



		254 (252)

		2004.11.30

		CP 7.3.1.13

		As functionality is already described in the paragraphs above, delete second last paragraph starting with “On expiry of the SIP Session timer and…” 


(OMA-POC-2004-1091)

		[2004.12.03]


Valid comment.


AI: contribution assigned to Motorola



		1070

		2004.12.01

		CP 7.3.1.14

		Editorial:


PoC server --> PoC Server in 1 place


(OMA-POC-2004-1104)

		JW: Fixed



		1071

		2004.12.01

		CP 7.3.1.14

		Reference have wrong syntax [RFC 3903] change to [RFC3903]


(OMA-POC-2004-1104)

		JW: Fixed



		2095

		2004.12.06

		CP 7.3.1.14

		Editorial:


Align “ marks in the subclause.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2096

		2004.12.06

		CP 7.3.1.14

		Technical: 


Should we specify the PoC settings in the bullet 5 to cover ISB, IAB and AM.


(OMA-POC-2004-1132)

		



		1072

		2004.12.01

		CP 7.3.1.2

		Technical:


Change: IP address and port number at the PoC Client for the RTCP Session   to: IP address and port number at the PoC Client to be used for RTCP 


(OMA-POC-2004-1104)

		



		1457

		2004.12.06

		CP 7.3.1.2

		Technical:


Bullet 4 indicates performing check of the PoC address, but does not specify an action in the case of failure.  Suggest adding the following:  “SHALL perform the actions to verify the Authenticated Originator's PoC Address of the PoC Client and verify the request authorization. If the request cannot be authorized, the PoC Server SHALL return a SIP 403 “Forbidden” response and not continue with the rest of the steps”.


(OMA-POC-2004-1116)

		



		1621

		2004.12.06

		CP 7.3.1.2

		Editorial:


Remove "Optionally" from bullet 7.c


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2058

		2004.12.06

		CP 7.3.1.2

		Technical:


The bullet 4 covers the positive case, but reject case is missing.


Nokia to contribute. 


(OMA-POC-2004-1132)

		



		2059

		2004.12.06

		CP 7.3.1.2

		Technical:


The bullet 7 is very long including several different items, split it to several bullets.


Nokia to contribute.


(OMA-POC-2004-1132)

		



		2552

		2004.12.07

		CP 7.3.1.2

		Technical:


Do not continue from step 3 in error case.


(OMA-POC-2004-1146)

		



		2553

		2004.12.07

		CP 7.3.1.2

		Technical:


Error message is missing in step 4.


(OMA-POC-2004-1146)

		



		2554

		2004.12.07

		CP 7.3.1.2

		Technical:


In step 7b:


Change:


“b) The selected codec


To:


“b) The selected codecs and other media parameters;”


(OMA-POC-2004-1146)

		



		2557

		2004.12.07

		CP 7.3.1.2

		Technical:


Align step 7c with other similar steps.


(OMA-POC-2004-1146)

		



		2558

		2004.12.07

		CP 7.3.1.2

		Technical:


In step 7d:


Change:


“d) The selected Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol.”


To:


“d) The selected Talk Burst Control Protocols and the port numbers to be used for the Talk Burst Control Protocol.”


(OMA-POC-2004-1146)

		



		2561

		2004.12.07

		CP 7.3.1.2

		Technical/Editorial:


Split step 7 to be more readable.


(OMA-POC-2004-1146)

		



		2060

		2004.12.06

		CP 7.3.1.3

		Technical:


Change “media capabilities” to “Media Parameters” in bullets 1, 2 and 3.


(OMA-POC-2004-1132)

		



		2562

		2004.12.07

		CP 7.3.1.3

		Technical:


In the first paragraph, is this part needed “which is not used for a PoC Session”? If not, more general.


(OMA-POC-2004-1146)

		



		1073

		2004.12.01

		CP 7.3.1.4

		Technical:


Change: IP address and port number at the PoC Client for the RTCP Session   to: IP address and port number at the PoC Client to be used for RTCP  [in 2 places]


(OMA-POC-2004-1104)

		



		1074

		2004.12.01

		CP 7.3.1.4

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		JW: Fixed



		1458

		2004.12.06

		CP 7.3.1.4

		Technical:


Sentence describing receipt of 180 Ringing.  Suggest a clarification to indicate that the response goes to the controlling PoC server.  Suggest wording as follows: “Upon receiving a SIP 180 "Ringing" response and when the PoC Server is acting as a SIP proxy, the PoC Server SHALL forward the SIP response towards the Controlling PoC Server according to rules and procedures of [RFC3261].”.


(OMA-POC-2004-1116)

		



		1459

		2004.12.06

		CP 7.3.1.4

		Technical:


In the section describing receipt of SIP 200 OK, bullets 3 and 6 are duplicates.  Suggest removing bullet 3.


(OMA-POC-2004-1116)

		



		1622

		2004.12.06

		CP 7.3.1.4

		Technical:


"PoC Session initiation on-demand"


This subclause seems to only apply to pre-arranged groups and the title is confusing.


Propose re-title as Pre-arranged Group Session initiation on-demand


(OMA-POC-2004-1118)

		



		2061

		2004.12.06

		CP 7.3.1.4

		Editorial:


Change “Talk Burst Control” to Talk Burst control” in the bullet 1 and also in bullet 1 after bullet 6.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2062

		2004.12.06

		CP 7.3.1.4

		Editorial:


Change “media parameters” to “Media Parameters” in the bullet 3.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2063

		2004.12.06

		CP 7.3.1.4

		Editorial:


Renumber bullets 1 and 2 after bullet 6 to 7 and 8.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2064

		2004.12.06

		CP 7.3.1.4

		Editorial:


Change “2” to “2.” and “a).” to “a)” after “Upon receiving 200 “OK” … B2BUA”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2065

		2004.12.06

		CP 7.3.1.4

		Editorial:


Change “Continue” to “continue” in the second bullet after “Upon receiving 200 “OK” … SIP proxy”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		247 (245)

		2004.11.30

		CP 7.3.1.4

		Whole checking procedure regarding feature-tag, authenticated user, … is missing.


The paragraph below should be added into this subcluase after the first line and before the first below:


“1. SHALL check that the Contact header includes the feature-tag '+g.poc.talkburst' as a caller capability and if it is not included the PoC Server SHALL return a SIP 403 “Forbidden” response. Otherwise, continue with the rest of the steps;


2. SHALL perform the actions to verify the PoC Address and authorize the request and if it is not authorized the PoC Server SHALL return a SIP 403 “Forbidden” response. Otherwise, continue with the rest of the steps;


3. SHALL validate that the new Media Parameters are acceptable by the PoC Server when staying on the media path and Talk Burst Control path and if not reject the request with a SIP 488 “Not Acceptable Here” response. Otherwise, continue with the rest of the steps;”


(OMA-POC-2004-1091)

		[2004.12.03]


Valid comment.


The proposal was not fully discussed.


AI: contribution assigned to Siemens



		248 (246)

		2004.11.30

		CP 7.3.1.4

		Missing description about behavior if Request-URI is hosted at the Poc server should be added:


“Upon receiving an initial SIP INVITE request that contains a Request-URI hosted at this PoC Server it SHALL proceed as described in 7.2.1.2”


(OMA-POC-2004-1091)

		[2004.12.03]


Valid comment.


The proposal was not fully discussed.


AI: contribution assigned to Ericsson



		2555

		2004.12.07

		CP 7.3.1.4

		Technical:


In step 7b:


Change:


“b) The selected codec


To:


“b) The selected codecs and other media parameters;”


(OMA-POC-2004-1146)

		



		2559

		2004.12.07

		CP 7.3.1.4

		Technical:


In step 7d:


Change:


“d) The selected Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol.”


To:


“d) The selected Talk Burst Control Protocols and the port numbers to be used for the Talk Burst Control Protocol.”


(OMA-POC-2004-1146)

		



		2563

		2004.12.07

		CP 7.3.1.4

		Technical:


After the “or” steps 1 and 2 has to be cleaned and revised. Now illogical.


(OMA-POC-2004-1146)

		



		2564

		2004.12.07

		CP 7.3.1.4

		Technical:


Should B2BUA and proxy functionalities be totally separated for better readability?


(OMA-POC-2004-1146)

		



		2565

		2004.12.07

		CP 7.3.1.4

		Technical:


Step 2b:


Change:


“b) The selected codec ”


To:


“b) The selected codec and other media paremeters;”


(OMA-POC-2004-1146)

		



		301 (298)

		2004.11.30

		CP 7.3.1.4

		Technical:


Branch telling what to do when the Request-URI is hosted on this server is missing.


(OMA-POC-2004-1093)

		[2004.12.03]


Valid comment.


AI: contribution assigned to Ericsson.



		1075

		2004.12.01

		CP 7.3.1.5

		Technical:


Change: IP address and port number at the PoC Client for the RTCP Session   to: IP address and port number at the PoC Client to be used for RTCP  [in 2 places]


(OMA-POC-2004-1104)

		



		1076

		2004.12.01

		CP 7.3.1.5

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		



		1183

		2004.12.01

		CP 7.3.1.5

		In bullet (1): Please specify which 4xx response shall be returned.


(OMA-POC-2004-1106)

		



		1185

		2004.12.01

		CP 7.3.1.5

		In bullet (4): The session type is not needed, just a differentiation between users and groups is needed.


(OMA-POC-2004-1106)

		



		1487

		2004.12.06

		CP 7.3.1.5

		Editorial:


Bullet 4, sub-bullet d).  Wording should be clarified as follows: “Do not continue the remaining steps”.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor 


JW: Fixed  previously with agreed editorial change



		1623

		2004.12.06

		CP 7.3.1.5

		Technical


What happens if the Media is "Inactive" when the REFER is received?


(OMA-POC-2004-1118)

		



		1624

		2004.12.06

		CP 7.3.1.5

		Technical:


"Upon receiving a SIP REFER request where the “method” uri parameter in the Refer-To header is set to “INVITE” the PoC Server:"


Modify to:


"Upon receiving a SIP REFER request without a “method” uri-parameter in the Refer-To header or with the uri parameter “method”=INVITE” the PoC Server:"


NOTE this subclause conflicts with 7.3.1.8 so this modified line should then be moved there.


(OMA-POC-2004-1118)

		



		1626

		2004.12.06

		CP 7.3.1.5

		Technical:


4. SHALL check the SIP URI in the Refer-To header whether it includes the Session-Type URI-parameter “adhoc”, “pre-arranged” or “chat” and if it does not include one of these Session Type URI-parameters, then continue at step 5..  Otherwise the PoC Server SHALL


Modify to:


4. SHALL check the SIP URI in the Refer-To header. If the SIP URI in the Refer-To header includes aSession-Type uri-parameter “session =adhoc”, or “session=pre-arranged” or “session=chat” the PoC Server SHALL:"


(OMA-POC-2004-1118)

		



		1627

		2004.12.06

		CP 7.3.1.5

		Technical:


5. The PoC Server SHALL perform the procedures as specified in 7.2.1.8 “Adding Participants to PoC Session Request”.


Modify to:


5. SHALL perform the procedures as specified in 7.2.1.8 “Adding Participants to PoC Session Request”, if the SIP URI in the Refer-To header includes a Session-Type uri-parameter "session =1-1" or no Session Type uri-parameter is included.


(OMA-POC-2004-1118)

		



		1628

		2004.12.06

		CP 7.3.1.5

		Editorial


c) SHALL include the media parameters of the PoC Server in the SIP INVITE request as follows;

i. the SIP INVITE request SHALL include a MIME SDP body as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] as follows;

Merge these together as follows so as to avoid two levels of bullets and read better:


c) SHALL include in the SIP INVITE request a MIME SDP body containing the media parameters of the PoC Server as a SDP offer according to rules and procedures of [RFC3264] and [RFC2327] as follows:


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1629

		2004.12.06

		CP 7.3.1.5

		Technical


b) SHALL generate a SIP INVITE request as specified in sub-clause 7.3.1.1 "General" using the URI out of the Refer-To in the SIP REFER request;


7.3.1.1 is for the on-demand case only and contains functionality that is not compatible with REFER initiated invitations (such as forwarding 200 OK and provisional responses)


Contribution Required


(OMA-POC-2004-1118)

		



		1630

		2004.12.06

		CP 7.3.1.5

		Technical


b) Set the supported codecs of the PoC Client


The PoC Server may be willing to do transcoding for the PoC Client and in this case needs to also offer a codec it can transcode to that supported by the PoC Client.


Modify:


b) The codecs offered by the PoC Client and optionally any additional codecs supported by the PoC Server that the PoC Server is able to transcode to a codec offered by the PoC Client.


(OMA-POC-2004-1118)

		



		1631

		2004.12.06

		CP 7.3.1.5

		Editorial:


Remove "Optionally" from bullet 4.c.i.3


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1632

		2004.12.06

		CP 7.3.1.5

		Technical:


4. The offered Talk Burst Control Protocol and the port number(s) for the Talk Burst Control Protocol.

Modify to:


4. The offered Talk Burst Control Protocol, Talk Burst Parameters which must either be a subset of those that were either agreed with the PoC Client during the Pre-established Session establishment as specified in subclause " 7.3.1.2" or are supported by the PoC Server and can be translated by the PoC Server to those agreed with the PoC Client during the Pre-established Session establishment


5.  the port number(s) for the Talk Burst Control Protocol.


(OMA-POC-2004-1118)

		



		1633

		2004.12.06

		CP 7.3.1.5

		Editorial:


Bullet d) correct English to " Do not continue with the rest of the steps"


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2066

		2004.12.06

		CP 7.3.1.5

		Technical:


Define 4xx in the bullet 1.


Nokia to contribute. 


(OMA-POC-2004-1132)

		



		2067

		2004.12.06

		CP 7.3.1.5

		Editorial:


Remove additional “.” in the end of bullet 5.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2068

		2004.12.06

		CP 7.3.1.5

		Technical:


Restructure the bullet 4. c) to be similar as corresponding bullets in elsewhere in the document.


Nokia to contribute.


(OMA-POC-2004-1132)

		



		2069

		2004.12.06

		CP 7.3.1.5

		Editorial:


Change “media parameters” to “Media Parameters”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2318

		2004.12.07

		CP 7.3.1.5

		Technical


The INVITE of 7.3.1.1 is a received INVITE for the on demand session, but in 7.3.1.5 it should be the INVITE that established the pre-established session.  The following edit identifies the correct INVITE to the reader in 7.3.1.5 that should be used in 7.3.1.1.  Otherwise, it is not clear to the user the headers to be included in the generated INVITE. 


In addition, certain two headers in the REFER that the PoC client may have included (e.g., section 6.1.3.2.x) are not mentioned.  The proposed edit specifies the inclusion of those in the generated INVITE, too.  


SHALL generate a SIP INVITE request as specified in sub-clause 7.3.1.1 "General" using the URI 


Remove "out"


of the Refer-To in the SIP REFER request.  


Add:


The SIP INVITE request that established the underlying pre-established session SHALL be used as the SIP INVITE request of section 7.3.1.1.  


(new bullet):


The generated SIP INVITE request SHALL also convey the P-Alerting-Mode from the REFER if set to "MAO" or "auto"; if the P-Alerting-Mode has a value of "manual", the REFER shall be rejected with a 4xx according the rules of [RFC 3515]. 


(new bullet) The generated INVITE SHALL convey the privacy header value(s);


(OMA-POC-2004-1139)

		



		2321

		2004.12.07

		CP 7.3.1.5

		Technical 


Section 7.3.1.8 and 7.3.1.5 both address the reception of a REFER at the PF.  Most of 7.3.1.8 is already in 7.3.1.5.  Furthermore, if both 7.3.1.5 and 7.3.18 were both to be executed, then there would be too many 202 responses sent to the mobile, for example.  


If the following edit to 7.3.1.5 is made, then 7.3.18 is not necessary and is therefore to be deleted.


2. SHALL check the identity in the Request-URI and if it does not belong to a Pre-established Session owned by the PoC Server, then 


Add:


SHALL based on Policy add its own address to a Record-Route header in the SIP REFER request if the PoC Server requires to be on the route of SIP NOTIFY requests sent as part of the SIP REFER dialog, and then


Remove "the PoC Server"


Continue:


SHALL send the SIP REFER request back to the SIP/IP Core according to the procedures of the SIP/IP Core. Otherwise, continue with the rest of the steps. 


7.3.1.8 SIP REFER request


[entire section is deleted]


(OMA-POC-2004-1139)

		



		249 (247)

		2004.11.30

		CP 7.3.1.5

		Missing description of generating NOTIFY reporting progress.


This text is aligned with 7.2.1.8 but not needs some condition checking before as in 7.2.1.8, because in 7.3.1.5 always only one INVITE request is generated.


“e) SHALL generate and send SIP NOTIFY request as specified in 7.2.1.8 based on the progress of the invitation.”


(OMA-POC-2004-1091)

		[2004.12.03]


Valid comment.


AI: contribution assigned to Siemens



		250 (248)

		2004.11.30

		CP 7.3.1.5

		Check if MAO is allowed before step 4. 


If passed Chapter 7.2.1.8 and 7.3.1.5 in some dub-sequent steps only executed for pre-defined PoC sessions (see below) should only copy the MAO out of the REFER in the INVITE without checking.


“x. SHALL if a P-Alerting-Mode header with the value "MAO" is present in the incoming SIP REFER request authorize whether the Served PoC User indicated by the Authenticated Originator's PoC Address is entitled to request Manual Answer Override and if authorized proceed with the next step otherwise the PoC Server SHALL return a SIP 403 “Forbidden” response and not continue with the rest of the steps.”


Additionally the MAO copying has also to be described in Bullet ii of bullet 4:


“ii. the SIP INVITE request SHALL if a P-Alerting-Mode header with the value "MAO" is present in the incoming SIP REFER request include a P-Alerting-Mode header with the value "MAO" “


(OMA-POC-2004-1091)

		[2004.12.03]


Valid comment.


AI: contribution assigned to Siemens



		2556

		2004.12.07

		CP 7.3.1.5

		Technical:


In step 7b:


Change:


“b) The selected codec


To:


“b) The selected codecs and other media parameters;”


(OMA-POC-2004-1146)

		



		2560

		2004.12.07

		CP 7.3.1.5

		Technical:


In step 7d:


Change:


“d) The selected Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol.”


To:


“d) The selected Talk Burst Control Protocols and the port numbers to be used for the Talk Burst Control Protocol.”


(OMA-POC-2004-1146)

		



		2566

		2004.12.07

		CP 7.3.1.5

		Technical:


Based on step 2 REFER may be sent further outside SIP dialog. Should be aligned with 7.1


(OMA-POC-2004-1146)

		



		2568

		2004.12.07

		CP 7.3.1.5

		Technical:


Align step 4ci3 with other similar steps.


(OMA-POC-2004-1146)

		



		2569

		2004.12.07

		CP 7.3.1.5

		Technical/Editorial:


Clean step 4.


(OMA-POC-2004-1146)

		



		1077

		2004.12.01

		CP 7.3.1.6

		Editorial:


Reference have wrong syntax [RFC 3311] change to [RFC3311]


(OMA-POC-2004-1104)

		JW: Fixed



		1078

		2004.12.01

		CP 7.3.1.6

		Editorial:


First bullet list do not have any bullet #2, change numbering


(OMA-POC-2004-1104)

		JW: Fixed



		1079

		2004.12.01

		CP 7.3.1.6

		Editorial:


Second bullet list: a full stop and space too much in bullet #2


(OMA-POC-2004-1104)

		JW: Fixed



		1186

		2004.12.01

		CP 7.3.1.6

		Editorial:


The bullet (2) is misplaced. Insert a line break before.


(OMA-POC-2004-1106)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1488

		2004.12.06

		CP 7.3.1.6

		Editorial:


Add a new paragraph for bullet 2.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1634

		2004.12.06

		CP 7.3.1.6

		Technical


1. SHALL validate that the Media Parameters are acceptable to the PoC Client and if not reject the request with a SIP 406 "Not Acceptable" response


Change to SIP 488 "Unacceptable Here" response. Do we include SDP in the body of the 488 response that indicates what media parameters would be acceptable?


(OMA-POC-2004-1118)

		



		2070

		2004.12.06

		CP 7.3.1.6

		Editorial:


Press CR before 2. in the bullet 1.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2071

		2004.12.06

		CP 7.3.1.6

		Editorial:


Align “OK” in the bullet 1 after “On receipt of SIP 200 “OK”...


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2072

		2004.12.06

		CP 7.3.1.6

		Editorial:


Remove additional “.” in the bullet 2 after “On receipt of SIP 200 “OK”...


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2073

		2004.12.06

		CP 7.3.1.6

		Technical:


Change the reject code in the first bullet from “SIP 406 “Not Acceptable”” to “SIP 488 “Not Acceptable Here””.


(OMA-POC-2004-1132)

		



		2570

		2004.12.07

		CP 7.3.1.6

		Technical:


In step 1 remove “to the PoC Client”.


(OMA-POC-2004-1146)

		



		2571

		2004.12.07

		CP 7.3.1.6

		Technical:


Should “reject response” be replaced with explicit numbers?


(OMA-POC-2004-1146)

		



		2074

		2004.12.06

		CP 7.3.1.7

		Editorial:


Remove “performing the Participating PoC Function” in the first sentence.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2075

		2004.12.06

		CP 7.3.1.7

		Editorial:


Add “PoC Server SHALL” after “Upon receiving a SIP final response,”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2572

		2004.12.07

		CP 7.3.1.7

		Technical:


Is the “hosted” branch missing?


(OMA-POC-2004-1146)

		



		1080

		2004.12.01

		CP 7.3.1.8

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		JW: Fixed



		1184

		2004.12.01

		CP 7.3.1.8

		In bullet (1): Please specify which 4xx response shall be returned.


(OMA-POC-2004-1106)

		



		1635

		2004.12.06

		CP 7.3.1.8

		Technical:


This subclause overlaps with subclause 7.3.1.5 and duplicates some of the functionality but not all functions (Record-Routing) of the Proxying of the REFER if the REFER is not for the Pre-established Session.


Proposal 


Have 7.3.1.8 reference 7.3.1.5 instead of 7.2.1.8 and do the checking of the Pre-established session and method=INVITE and method=BYE in 7.3.1.8.


Remove Checking and bullets 1, 2 and 3 from 7.3.1.5


Contribution Required here


(OMA-POC-2004-1118)

		



		1636

		2004.12.06

		CP 7.3.1.8

		This clause assumes that if the REFER is not part of a Pre-established session then it is not part of an existing dialog and hence the PoC Server can proxy it. This is a bad assumption as if the REFER is part of an existing dialog terminated at the PoC Server the PoC Server cannot Proxying it but must act as a B2BUA. 


However a REFER outside of a dialog conflicts with text in 7.1 Determination of PoC Server Role


"Upon receiving a SIP REFER request outside an existing dialog the PoC Server SHALL return a SIP 481 “Call/Transaction Does Not Exist” response."


Contribution Required here


(OMA-POC-2004-1118)

		



		1637

		2004.12.06

		CP 7.3.1.8

		Editorial:


Re-title to SIP REFER request received


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2076

		2004.12.06

		CP 7.3.1.8

		Technical:


Change “Policy” to “local policy” in the bullet 2. b) i. 


(OMA-POC-2004-1132)

		



		2320

		2004.12.07

		CP 7.3.1.8

		Technical 


Section 7.3.1.8 and 7.3.1.5 both address the reception of a REFER at the PF.  Most of 7.3.1.8 is already in 7.3.1.5.  Furthermore, if both 7.3.1.5 and 7.3.18 were both to be executed, then there would be too many 202 responses sent to the mobile, for example.  


If the following edit to 7.3.1.5 is made, then 7.3.18 is not necessary and is therefore to be deleted.


2. SHALL check the identity in the Request-URI and if it does not belong to a Pre-established Session owned by the PoC Server, then 


Add:


SHALL based on Policy add its own address to a Record-Route header in the SIP REFER request if the PoC Server requires to be on the route of SIP NOTIFY requests sent as part of the SIP REFER dialog, and then


Remove "the PoC Server"


Continue:


SHALL send the SIP REFER request back to the SIP/IP Core according to the procedures of the SIP/IP Core. Otherwise, continue with the rest of the steps. 


7.3.1.8 SIP REFER request


[entire section is deleted]


(OMA-POC-2004-1139)

		



		251 (249)

		2004.11.30

		CP 7.3.1.8

		Delete whole chapter as already included in 7.3.1.5 which should be renamed to also include the “add” use case in the title:


“7.3.1.5 PoC Session initiation [and adding of PoC participants to Poc session] using Pre-established Session”


Note: Inside [ ] added.


(OMA-POC-2004-1091)

		[2004.12.03]


Valid comment.


Not "completely" to be removed, but to keep this section with modified title and other supplimental information.


AI: contribution assigned to Siemens



		1081

		2004.12.01

		CP 7.3.2

		Editorial:


Heading of clause change User to PoC User


(OMA-POC-2004-1104)

		JW: Fixed (presumably this acceptable)



		1082

		2004.12.01

		CP 7.3.2.1

		Editorial:


Reference have wrong syntax [RFC 3841] change to [RFC3841]


(OMA-POC-2004-1104)

		JW: Fixed



		1083

		2004.12.01

		CP 7.3.2.1

		Editorial:


Feature tag --> feature-tag


(OMA-POC-2004-1104)

		JW: Fixed



		1187

		2004.12.01

		CP 7.3.2.1

		Duplicate bullets (3) and (4) on receipt of SIP 200 “OK”


(OMA-POC-2004-1106)

		JW: Fixed (bullet 4 deleted and bullet 5 renumbered as 4)



		1490

		2004.12.06

		CP 7.3.2.1

		Editorial:


In the section describing receipt of the 200 OK, bullets 3 and 4 are duplicated.  Suggest removing one of the bullets.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1646

		2004.12.06

		CP 7.3.2.1

		Technical


Nothing is mentioned about the setting of the Authenticated Originator's PoC Address (P-Asserted-Identity header in IMS) in the INVITE. Is it a copy of that received in the incoming INVITE? Is it set to the Address of the PoC Server. 


(OMA-POC-2004-1118)

		



		1647

		2004.12.06

		CP 7.3.2.1

		Technical


Allow header is not specified to be included in the Provisional Response and the Authenticated Originator's PoC Address is also not specified to be included in the provisional response. Neither is the addition of the g.poc.talkburst feature-tag to the contact.


(OMA-POC-2004-1118)

		



		1648

		2004.12.06

		CP 7.3.2.1

		Technical


On receipt of a SIP provisional responses with the exception of the SIP 100 “Trying” response to the SIP request, the PoC Server :


This wording doesn’t fit with the 183 Session Progress Provisional response which is originated by the PoC Server. Also what do we use for the Authenticated Originator's PoC Address for the 183 Session Progress? And the Privacy header usage is also a question with 183 Session Progress


(OMA-POC-2004-1118)

		



		1649

		2004.12.06

		CP 7.3.2.1

		Technical


Nothing is stated about the Contact and including the +g.poc.talkburst feature-tag


(OMA-POC-2004-1118)

		



		1650

		2004.12.06

		CP 7.3.2.1

		Technical


Needs to include an Allow header in the Provisional response


(OMA-POC-2004-1118)

		



		1651

		2004.12.06

		CP 7.3.2.1

		Technical


2. SHOULD include value 'id' in the Privacy header according to rules and procedures of [RFC3323] and [RFC3325], if the privacy is requested with the value 'id' in the Privacy header the PoC Server.


This doesn’t make sense


(OMA-POC-2004-1118)

		



		1652

		2004.12.06

		CP 7.3.2.1

		Technical


Nothing is mentioned about the including a Require header set to 'timer' in the 200 OK response compliant with session timers draft even though we mandate the use of Supported 'timer' in the INVITE.


(OMA-POC-2004-1118)

		



		1653

		2004.12.06

		CP 7.3.2.1

		Technical


Nothing is mentioned about the Contact header in responses. What is the URI in the Contact? Is +g.poc.talkburst included in the Contact?


(OMA-POC-2004-1118)

		



		1654

		2004.12.06

		CP 7.3.2.1

		Technical


Nothing is mentioned about the setting of the Authenticated Originator's PoC Address (P-Asserted-Identity header in IMS) in responses. Is it forwarded if received in responses from the PoC Client? Is it set to the Address of the PoC Server. Based on another comment  this identity may appear in the sipfrag in the Notfiy sent as a result of the REFER that initiated the Session. 


(OMA-POC-2004-1118)

		



		1655

		2004.12.06

		CP 7.3.2.1

		Technical


On receipt of the SIP 200 "OK" response to the SIP INVITE request or the SIP UPDATE request the PoC Server


This text does not align with the pre-established case where the 200 OK is sent without receipt of a 200 OK but is referred to as how to send a 200 OK by 7.3.2.2.2


Contribution Required


(OMA-POC-2004-1118)

		



		1656

		2004.12.06

		CP 7.3.2.1

		Technical


On receipt of the SIP 200 "OK" response to the SIP INVITE request or the SIP UPDATE request the PoC Server


This text does not include adding a Server header in the event that no provisional response id received before the 200 OK response


(OMA-POC-2004-1118)

		



		2097

		2004.12.06

		CP 7.3.2.1

		Editorial:


Change the sentence:


Upon receipt of SIP provisional responses with the exception of the SIP 100 “Trying” response to the SIP  request the PoC Server:


To


Upon receiving SIP provisional responses other than the SIP 100 “Trying” response to the SIP INVITE request the PoC Server:


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2098

		2004.12.06

		CP 7.3.2.1

		Editorial:


Align the “OK” in the bullet 1 (in the last set of bullets).


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2525

		2004.12.07

		CP 7.3.2.1

		Technical:


Between the steps 5 and 6 after the “The PoC Server” it should be added a new step:


“SHOULD include the Allow header with the supported SIP methods.”


(OMA-POC-2004-1143)

		



		2526

		2004.12.07

		CP 7.3.2.1

		Technical:


The functionality after the “On receipt of the SIP 200 “OK” response  …” seems to be for B2BUA. Evidently proxy functionality is missing. 


(OMA-POC-2004-1143)

		



		2527

		2004.12.07

		CP 7.3.2.1

		Technical:


Add before step 1 after the “On receipt of the SIP 200 “OK” response  …”:


“SHALL store the list of supported SIP methods if received in the Allow header;”


(OMA-POC-2004-1143)

		



		2528

		2004.12.07

		CP 7.3.2.1

		Technical:


The step 5 after the “On receipt of the SIP 200 “OK” response  …” should be consistent with other places with same functionality and should be replaced with:


“5. SHOULD include the Allow header with the supported SIP methods.”


(OMA-POC-2004-1143)

		



		2573

		2004.12.07

		CP 7.3.2.1

		Technical:


What happens to the subscriptions done with the address generated in step 6 after the session is terminated?


(OMA-POC-2004-1147)

		



		1084

		2004.12.01

		CP 7.3.2.2

		Consistency comments: reference to access rules while others chapter refer to Access and reject lists. 


(OMA-POC-2004-1104)

		



		1085

		2004.12.01

		CP 7.3.2.2

		Editorial:


First paragraph: ..Request- change to Request


(OMA-POC-2004-1104)

		JW: Fixed



		1188

		2004.12.01

		CP 7.3.2.2

		Checking authorization rules needs clarification:


“4. SHALL check the invited user's access rules associated to the PoC Address received in the Request-URI stored in the PoC XDMS as specified in [POC XDM Specification] against the Authenticated Originator's PoC Address and the Refereed-by header in the initial SIP INVITE.  If the “allow-invite” action does not allow at least one of these identities to continue the Session the PoC Server SHALL respond with a SIP 403 “Forbidden” response and do not continue the rest of the steps”


(OMA-POC-2004-1106)

		



		1463

		2004.12.06

		CP 7.3.2.2

		Technical:


In the first sentence, “Request-“ should be “Request-URI”.


(OMA-POC-2004-1116)

		



		1657

		2004.12.06

		CP 7.3.2.2

		Technical


1. SHALL check that the PoC Address in the Request-URI is served by the PoC Server and if it is not then return a SIP 404 "Not Found" response without continuing the rest of the steps;


We get here from 7.1 based on:


. SHALL analyze the Request-URI If it is the mobile terminating trigger detection point and


a) If the SIP URI corresponds to an known pre-arranged group the PoC Server SHALL perform the role of  Controlling PoC Function and continue as specified in subclause 7.2.1.3 "Pre-arranged PoC Group Session setup request";


b) If the SIP-URI corresponds to a PoC User served by the PoC Server the PoC Server SHALL perform the role of  Participating PoC Function and continue as specified in subclause 7.3.2.2 "PoC Session invitation request"; or,


c) If the SIP URI is unknown to the PoC Server the PoC Server SHALL return a SIP 404 “Not Found” response.


The 404 “Not Found” response is handled by 7.1 so we can delete bullet 1


Propose deletion of bullet 1


(OMA-POC-2004-1118)

		



		1658

		2004.12.06

		CP 7.3.2.2

		Technical


2. SHALL check whether the Accept-Contact header including the PoC feature-tag '+g.poc.talkburst' is included and if it is not then the PoC Server SHALL return a SIP 406 "Not Acceptable" response  without continuing the rest of the steps;


3. SHALL check the presence of the "isfocus" feature parameter in the URI of the Contact header and if it is not present then the PoC Server SHALL reject the request with a SIP 406 "Not Acceptable" response including "isfocus not assigned" text in the Warning header without continuing the rest of the steps;


406 "Not Acceptable" is not an acceptable response here. 406 means that the body MIME type is not acceptable.


Modify to: use SIP 403 "Forbidden" response


(OMA-POC-2004-1118)

		



		1659

		2004.12.06

		CP 7.3.2.2

		Technical


6. SHALL check the invited user's Answer Mode associated to the PoC Address received in the Request-URI. If the invited user is using Automatic Answer Mode the PoC Server SHALL perform the actions specified in subclause 7.3.2.2.2 "Automatic answer using the Pre-established Session" or 7.3.2.2.1 "Automatic answer on-demand" depending on whether the invited User has or has not an ongoing Session pre-established with the PoC Address.  Otherwise the PoC Server SHALL perform actions specified in subsclause 7.3.2.2.3 "Manual answer".


This doesn’t cover the Manual Answer Override case.


Contribution Required


(OMA-POC-2004-1118)

		



		1660

		2004.12.06

		CP 7.3.2.2

		Editorial


3. SHALL start the SIP Session timer according to rules and procedures of [draft-ietf-sip-session-timer].


4. SHALL start the SIP Session timer according to rules and procedures of [draft-ietf-sip-session-timer].


Duplicate


Delete bullet 4.


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed (refers to 7.3.2.1)



		1661

		2004.12.06

		CP 7.3.2.2

		Technical


5.  SHALL include a methods parameter with supported SIP methods including the “UPDATE” method in an Allow header


This is not correct .


RFC 3261 states the UAS SHOULD include an Allow header we want to make it a SHALL if UPDATE is supported.


Proposal


5. SHALL include an Allow header containing all supported SIP methods if the SIP UPDATE method is supported and if the Allow header has not been previously sent as part of this Invite transaction. 


(OMA-POC-2004-1118)

		



		2099

		2004.12.06

		CP 7.3.2.2

		Editorial:


Change “Request-“ to “Request-URI” in the first sentence.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2100

		2004.12.06

		CP 7.3.2.2

		Technical


Use values “accept”, “reject” and “pass” as specified in the XDM Specification.


Nokia to contribute.


(OMA-POC-2004-1132)

		



		2101

		2004.12.06

		CP 7.3.2.2

		Technical:


Clarify the sentence in the bullet 6, now it is not understandable, see below:


“… depending on whether the invited User has or has not an ongoing Session pre-established with the PoC Address.”


(OMA-POC-2004-1132)

		



		1086

		2004.12.01

		CP 7.3.2.2.1

		Technical:


Change: IP address and port number at the PoC Client for the RTCP Session   to: IP address and port number at the PoC Client to be used for RTCP  [in 2 places]


(OMA-POC-2004-1104)

		



		1087

		2004.12.01

		CP 7.3.2.2.1

		Editorial:


Reference have wrong syntax [RF3262] change to [RFC3262]


(OMA-POC-2004-1104)

		JW: Fixed



		1189

		2004.12.01

		CP 7.3.2.2.1

		According to the requirements the user and group ID have to be check, therefore enhance:


“If the Authenticated Originator's PoC Address or the Refereed-by header in the initial SIP INVITE …”


(OMA-POC-2004-1106)

		



		1192

		2004.12.01

		CP 7.3.2.2.1

		Responding to SIP PRACK should be described here.


(OMA-POC-2004-1106)

		



		1662

		2004.12.06

		CP 7.3.2.2.1

		Technical


b) The offered codecs;


Be more specific here and cover transcoding:


PROPOSAL:


ii.  A list of codecs supported by the PoC Server that were either contained in the SDP offer in the incoming SIP INVITE request or can be transcoded by the PoC Server to a codec contained in the SDP offer in the incoming SIP INVITE request


(OMA-POC-2004-1118)

		



		1663

		2004.12.06

		CP 7.3.2.2.1

		Technical 


d) The offered Talk Burst Control Protocols and the port number(s) to be used for the Talk Burst Control Protocol.


Modify to:


iv The Talk Burst Control Protocol and Talk Burst Parameters either from those contained in the SDP offer in the incoming SIP INVITE request or can be translated by the PoC Server to Talk Burst Control Protocol and Talk Burst Parameters contained in the SDP offer in the incoming SIP INVITE request


v. the PoC server's port number for the Talk Burst Control Protocol.


(OMA-POC-2004-1118)

		



		1664

		2004.12.06

		CP 7.3.2.2.1

		Technical


b) The supported codecs.


Be more specific here and cover transcoding:


PROPOSAL:


b)  A Codec contained in the SDP answer in the SIP 200 OK from the PoC Client or a Codec contained in the original SDP offer in the incoming SIP INVITE request that can be transcoded by the PoC Server to a codec contained in the SDP answer in the SIP 200 OK from the PoC Client


(OMA-POC-2004-1118)

		



		1665

		2004.12.06

		CP 7.3.2.2.1

		Technical 


d) The supported Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol..


Modify to:


d) The Talk Burst Control Protocol and Talk Burst Parameters either from those in the SDP answer contained in the SIP 200 "OK" from the PoC Client or from those from the original SDP offer in the incoming SIP INVITE request that can be translated by the PoC Server to those Talk Burst Control Protocol and Talk Burst Parameters in the SDP answer contained in the SIP 200 "OK" from the PoC Client 


e) the PoC server's port number for the Talk Burst Control Protocol.


(OMA-POC-2004-1118)

		



		191 (191)

		2004.11.29

		CP 7.3.2.2.1

		Technical:


Need to determine if Proxy mode is possible and if so add the procedures.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment. Solution pending. Discussion based on a contribution will take place.


AI: contribution assigned to Siemens.



		192 (192)

		2004.11.29

		CP 7.3.2.2.1

		Technical:


Need to resolve Editor’s note: How the PoC Server knows which codec to select is FFS


Proposal: Replace the Editor's Note with "NOTE: How the PoC Server determines which codec to provide in the SDP answer when multiple codecs are included in the SDP offer is implementation and service provider policy dependent".


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


Various opinion, either providing the solution or leaving it as FFS.


Solution how it is resovled open


AI: Nokia try to obtain the company's position by Friday 3 Dec.



		193 (193)

		2004.11.29

		CP 7.3.2.2.1

		Technical:


Need to resolve Editor's Note: Whether it is feasible to send SDP in 183 Session progress needs to be investigated.


Proposal: Replace the Editor's Note with "NOTE: Whether the PoC Server includes an SDP answer in the SIP 183 "Session Progress" response is implementation and service provider policy dependent".


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


Various opinion.


Solution how it is resovled open


AI: Nokia try to obtain the company's position by Friday 3 Dec.



		2102

		2004.12.06

		CP 7.3.2.2.1

		Editorial:


Change “PoC Settings” to “PoC settings”, because this term is not defined in subclause 3.2.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2103

		2004.12.06

		CP 7.3.2.2.1

		Editorial:


In the beginning remove one additional “The”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2104

		2004.12.06

		CP 7.3.2.2.1

		Editorial:


Remove “the PoC Server SHALL” in the bullet 2 (in the second set of bullets) after the first “MAO”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2105

		2004.12.06

		CP 7.3.2.2.1

		Technical:


Only “unconfirmed” case is covered.  Also “Confirmed” case shall be covered.


Nokia to contribute.


(OMA-POC-2004-1132)

		



		2107

		2004.12.06

		CP 7.3.2.2.1

		Editorial:


Change “D)” to “d)” in the bullet 4 (in the second set).


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2108

		2004.12.06

		CP 7.3.2.2.1

		Editorial:


Align “ marks.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2109

		2004.12.06

		CP 7.3.2.2.1

		Editorial:


Number the bullets after “Upon receiving a SIP 200 “OK” …”


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2529

		2004.12.07

		CP 7.3.2.2.1

		Technical:


Error response handling is missing.


(OMA-POC-2004-1143)

		



		2106

		2004.12.06

		CP 7.3.2.2.1 and generally

		Technical


The codec selection is mentioned, but no other media parameters. At least the amount of codec (AMR) frames in one RTP message shall be negotiated.


Nokia to contribute.


(OMA-POC-2004-1132)

		



		1088

		2004.12.01

		CP 7.3.2.2.2

		Technical:


Change: IP address and port number at the PoC Client for the RTCP Session   to: IP address and port number at the PoC Client to be used for RTCP 


(OMA-POC-2004-1104)

		



		1089

		2004.12.01

		CP 7.3.2.2.2

		Editorial:


First Bullet #3 say: "SHALL send the SIP 200 "OK" Response to the SIP INVITE request according to the . add rules and procedures of SIP/IP Core


(OMA-POC-2004-1104)

		JW: Fixed



		1090

		2004.12.01

		CP 7.3.2.2.2

		Editorial:


Bullet list have two #3 the last of them have wrong indent


(OMA-POC-2004-1104)

		JW: Fixed



		1190

		2004.12.01

		CP 7.3.2.2.2

		According to the requirements the user and group ID have to be check, therefore enhance:


“If the Authenticated Originator's PoC Address or the Refereed-by header in the initial SIP INVITE …”


(OMA-POC-2004-1106)

		



		1666

		2004.12.06

		CP 7.3.2.2.2

		Technical


If the Authenticated Originator's PoC Address in the initial SIP INVITE request is “accepted” by the rules associated to the Invited PoC User indicated by the Request-URI stored in the PoC XDMS as described in [POC-XDMS] and the Answer Mode setting in the PoC Settings of the Invited PoC User is set to Automatic Answer then the PoC Server


This Text overlaps with text in parent subclause 7.3.2.2,


Contribution required


.


(OMA-POC-2004-1118)

		



		1667

		2004.12.06

		CP 7.3.2.2.2

		Technical


1. SHALL validate that the Media Parameters are acceptable for the PoC Server and if not reject the request with a SIP 488 “Not Acceptable Here” response. Otherwise, continue with the rest of the steps


What the PoC Server needs to do here is check that the Media Parameters in the SDP offer either contain a Codec and Talk Burst Control Protocol Parameters with the Codec and Talk Burst Control Protocol Parameters agreed with the PoC Client during the establishment of the Pre-established Session or that the SDP offer contains  a Codec /Talk Burst Control Protocol Parameters that can be transcoded/translated by the PoC Server to those agreed with the PoC Client during the establishment of the Pre-established Session.


We should be more specific here along the lines of the comment above. Also if a 488 response needs to be returned does it contain SDP that would be acceptable?


Contribution Required


(OMA-POC-2004-1118)

		



		1668

		2004.12.06

		CP 7.3.2.2.2

		Technical


2. SHALL generate a SIP 200 "OK" response to the SIP INVITE request as described in the subclause 7.3.2.1 “General”.


As above this reference doesn’t handle the Pre-established case. Also the Server Header is not included in the 200 OK response in 7.3.2.1 which would be required in this scenario.


Contribution required


(OMA-POC-2004-1118)

		



		1669

		2004.12.06

		CP 7.3.2.2.2

		Technical


Nothing is mentioned about the setting of the Authenticated Originator's PoC Address (P-Asserted-Identity header in IMS) in the 200 OK response.


 Is it set to PoC Address of the invited PoC Client? Is it set to the Address of the PoC Server. Based on another comment this identity may appear in the sipfrag in the Notfiy sent as a result of the REFER that initiated the Session. 


Contribution Required


(OMA-POC-2004-1118)

		



		1670

		2004.12.06

		CP 7.3.2.2.2

		Technical


ii. The selected codec; 


Be more specific here and cover transcoding:


PROPOSAL:


ii. Either the codec agreed with the PoC Client during the Pre-established Session establishment as specified in subclause "7.3.1.2"  or a codec contained in the SDP offer that is supported by the PoC Server and can be transcoded by the PoC Server to the codec agreed with the PoC Client during the Pre-established Session establishment


(OMA-POC-2004-1118)

		



		1671

		2004.12.06

		CP 7.3.2.2.2

		Technical 


iv. The selected Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol.


Modify to:


iv The selected Talk Burst Control Protocol and Talk Burst Parameters from those contained in the SDP offer that were either agreed with the PoC Client during the Pre-established Session establishment as specified in subclause "7.3.1.2"  or are supported by the PoC Server and can be translated by the PoC Server to those agreed with the PoC Client during the Pre-established Session establishment


v. the PoC server's port number for the Talk Burst Control Protocol.


(OMA-POC-2004-1118)

		



		1672

		2004.12.06

		CP 7.3.2.2.2

		Technical 


No text about including in the 200 OK the P-Answer-State header indicating that this is an Unconfirmed Indication.


Add following bullet between bullet 2 and 3


SHALL include the P-Answer-State header set to “Unconfirmed”.


(OMA-POC-2004-1118)

		



		2110

		2004.12.06

		CP 7.3.2.2.2

		Editorial:


Change: [POC-XDMS] to [POC XDM Specification].


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2111

		2004.12.06

		CP 7.3.2.2.2

		Editorial:


Change “accepted” to “accept” to be inline with [POC XDM Specification].


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2112

		2004.12.06

		CP 7.3.2.2.2

		Editorial:


Change: “PoC Settings” to “PoC settings”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2113

		2004.12.06

		CP 7.3.2.2.2

		Technical:


Change: “codec” to “codecs” as used elsewhere in 7.3.  As commented earlier also media parameters shall be taken account.


Nokia to contribute. 


(OMA-POC-2004-1132)

		



		2114

		2004.12.06

		CP 7.3.2.2.2

		Editorial:


Add “SIP/IP Core” in the end of bullet 3.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2115

		2004.12.06

		CP 7.3.2.2.2

		Editorial:


Renumber the last bullet to be 4 (not 3).


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2116

		2004.12.06

		CP 7.3.2.2.2

		Editorial:


Move the sentence “When the SIP/IP Core corresponds …” from bullet to normal text as in alla other subclauses. 


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2575

		2004.12.07

		CP 7.3.2.2.2

		Add “codecs and other media parameters” into the second substep of MIME SDP generation. There may be two instances in the sub-clause.


(OMA-POC-2004-1147)

		



		2577

		2004.12.07

		CP 7.3.2.2.2

		Technical:


In the fourth substep of MIME SDP generation, make the following change (add "s" after "Protocol") to align with the 7.3.2.2.1:


“The selected Talk Burst Control Protocols and the port number(s) to be used for the Talk Burst Control Protocol.”


(OMA-POC-2004-1147)

		



		302 (299)

		2004.11.30

		CP 7.3.2.2.2

		Technical:


The auto/manual answer race condition description in case of pre-established session case is not consistent with one of the on-demand session case.


(OMA-POC-2004-1093)

		[2004.12.03]


Valid comment.


AI: contribution assigned to Nokia.



		1091

		2004.12.01

		CP 7.3.2.2.3

		Technical:


Change: IP address and port number at the PoC Client for the RTCP Session   to: IP address and port number at the PoC Client to be used for RTCP  [in 2 places]


(OMA-POC-2004-1104)

		



		1191

		2004.12.01

		CP 7.3.2.2.3

		According to the requirements the user and group ID have to be check, therefore enhance:


“If the Authenticated Originator's PoC Address or the Refereed-by header in the initial SIP INVITE …”


(OMA-POC-2004-1106)

		



		1673

		2004.12.06

		CP 7.3.2.2.3

		Technical


Setting the Request-URI of the outgoing INVITE to the PoC Address contained in the Request-URI of the incoming INVITE is not mentioned for the B2BUA mode


(OMA-POC-2004-1118)

		



		1674

		2004.12.06

		CP 7.3.2.2.3

		Technical


ii. A list of codecs supported by the PoC Server.


Be more specific here and cover transcoding:


PROPOSAL:


ii.  A list of codecs supported by the PoC Server that were either contained in the SDP offer in the incoming SIP INVITE request or can be transcoded by the PoC Server to a codec contained in the SDP offer in the incoming SIP INVITE request


(OMA-POC-2004-1118)

		



		1675

		2004.12.06

		CP 7.3.2.2.3

		Technical 


iv. The offered Talk Burst Control Protocols and the port number(s) for the Talk Burst Control Protocol.


Modify to:


iv The Talk Burst Control Protocol and Talk Burst Parameters either from those contained in the SDP offer in the incoming SIP INVITE request or can be translated by the PoC Server to Talk Burst Control Protocol and Talk Burst Parameters contained in the SDP offer in the incoming SIP INVITE request


v. the PoC server's port number for the Talk Burst Control Protocol.


(OMA-POC-2004-1118)

		



		1676

		2004.12.06

		CP 7.3.2.2.3

		Technical


ii. The selected Codec.


Be more specific here and cover transcoding:


PROPOSAL:


ii.  A Codec contained in the SDP answer in the SIP 200 OK from the PoC Client or a Codec contained in the original SDP offer in the incoming SIP INVITE request that can be transcoded by the PoC Server to a codec contained in the SDP answer in the SIP 200 OK from the PoC Client


(OMA-POC-2004-1118)

		



		1677

		2004.12.06

		CP 7.3.2.2.3

		Technical 


iv. The selected Talk Burst Control Protocol and the port number(s) to be used for the Talk Burst Control Protocol..


Modify to:


iv The Talk Burst Control Protocol and Talk Burst Parameters either from those in the SDP answer contained in the SIP 200 "OK" from the PoC Client or from those from the original SDP offer in the incoming SIP INVITE request that can be translated by the PoC Server to those Talk Burst Control Protocol and Talk Burst Parameters in the SDP answer contained in the SIP 200 "OK" from the PoC Client 


v. the PoC server's port number for the Talk Burst Control Protocol.


(OMA-POC-2004-1118)

		



		1678

		2004.12.06

		CP 7.3.2.2.3

		Technical


If acting as a Proxy the PoC Server needs to include a Record-Route header in the Invite


(OMA-POC-2004-1118)

		



		2117

		2004.12.06

		CP 7.3.2.2.3

		Technical:


Use Access Rules / “accept” in stead of Accept List.


Nokia to contribute.


(OMA-POC-2004-1132)

		



		2118

		2004.12.06

		CP 7.3.2.2.3

		Editorial:


Change “PoC Settings” to “PoC settings”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2119

		2004.12.06

		CP 7.3.2.2.3

		Editorial:


Change in the bullet 3. c) “Continue” to “continue”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2120

		2004.12.06

		CP 7.3.2.2.3

		Editorial:


Align “ marks.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2121

		2004.12.06

		CP 7.3.2.2.3

		Editorial:


Change “200 OK” to 200 “OK”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2122

		2004.12.06

		CP 7.3.2.2.3

		Editorial:


Remove “the PoC Server” in the end of bullets 1 and 2 (in the last set of bullets).


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2123

		2004.12.06

		CP 7.3.2.2.3

		Editorial:


Remove “SHALL” in the beginning of bullets 1 a,b,c and 2 a,b (in the last set of bullets).


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2530

		2004.12.07

		CP 7.3.2.2.3

		Technical:


Error response handling is missing.


(OMA-POC-2004-1143)

		



		255 (253)

		2004.11.30

		CP 7.3.2.2.3

		Please replace first paragraph with text below, similar as for auto answer in 7.3.2.2.1 but using “passed” instead of “ accepted”, as access and reject list are not longer defined by PoC XDM:


“If the Authenticated Originator's PoC Address in the initial SIP INVITE request is “passed” by the rules associated to the Invited PoC User indicated by the Request-URI stored in the PoC XDMS as described in [POC-XDMS] and the Answer Mode setting in the PoC Settings of the Invited PoC User is set to Manual Answer then the PoC Server :”


(OMA-POC-2004-1091)

		[2004.12.03]


Valid comment.


AI: contribution assigned to Siemens



		2576

		2004.12.07

		CP 7.3.2.2.3

		Add “codecs and other media parameters” into the second substep of MIME SDP generation. There may be two instances in the sub-clause.


(OMA-POC-2004-1147)

		



		2578

		2004.12.07

		CP 7.3.2.2.3

		Technical:


In the fourth substep of MIME SDP generation, make the following change (add "s" after "Protocol") to align with the 7.3.2.2.1:


“The selected Talk Burst Control Protocols and the port number(s) to be used for the Talk Burst Control Protocol.”


(OMA-POC-2004-1147)

		



		1092

		2004.12.01

		CP 7.3.2.3

		Editorial:


Reference have wrong syntax [RFC 3311] change to [RFC3311]


(OMA-POC-2004-1104)

		JW: Fixed



		1679

		2004.12.06

		CP 7.3.2.3

		Technical


2. SHALL validate that the Media Parameters are acceptable to the PoC Client and if not reject the request with a SIP 406 "Not Acceptable" response. Otherwise continue with the rest of the steps.


406 "Not Acceptable" is not an acceptable response here. 406 means that the body MIME type is not acceptable.


Modify to: use SIP 403 "Forbidden" response


(OMA-POC-2004-1118)

		



		194 (194)

		2004.11.29

		CP 7.3.2.3

		Technical:


Need to resolve Editor’s note: Should  be added the case that other response than 200 “OK” 4XX is received from Client”.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


AI: contribution assigned to Ericsson. Provisional response should be covered.



		2124

		2004.12.06

		CP 7.3.2.3

		Technical:


Change the second bullet “2. SHALL validate that the Media Parameters are acceptable to the PoC Client and if not reject the request with a SIP 406 "Not Acceptable" response. Otherwise continue with the rest of the steps.”


to


2. SHALL validate that the Media Parameters are acceptable to the PoC Server and if not reject the request with a SIP 488 "Not Acceptable Here" response. Otherwise continue with the rest of the steps.


(OMA-POC-2004-1132)

		



		2125

		2004.12.06

		CP 7.3.2.3

		Editorial:


Change “SIPUPDATE” to “SIP UPDATE”; add space.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2126

		2004.12.06

		CP 7.3.2.5

		Editorial:


Correct the word “peforming” to “performing”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		1093

		2004.12.01

		CP 7.3.2.6.1

		SIP/IP core --> SIP/IP Core in 2 places


(OMA-POC-2004-1104)

		JW: Fixed



		2127

		2004.12.06

		CP 7.3.2.6.1

		Editorial:


Change “session” to “Session” in the subclause title in the bullet 2.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2128

		2004.12.06

		CP 7.3.2.6.2

		Technical:


Split the bullet 1 to two bullets for clarification to be:


SHALL release the PoC Session towards the Controlling PoC Function;


SHALL maintain the Pre-established Session towards the PoC Client;


(OMA-POC-2004-1132)

		



		1094

		2004.12.01

		CP 7.3.2.7

		Editorial:


feature tag --> feature-tag


(OMA-POC-2004-1104)

		JW: Fixed



		1095

		2004.12.01

		CP 7.3.2.7

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		JW: Fixed



		1193

		2004.12.01

		CP 7.3.2.7

		The statement in bullet (1) is wrong: there are no access lists.


Proposal: The group advertisement can be authorized using “allow-invite” action in PoC user access policy, or PAG can define another advertisement specific action. To be decided.


(OMA-POC-2004-1106)

		



		2129

		2004.12.06

		CP 7.3.2.7

		Technical:


Change accept list to access rules and use in the XDM specification defined parameters. Accept, reject and pass.


Nokia to contribute.


(OMA-POC-2004-1132)

		



		2130

		2004.12.06

		CP 7.3.2.7

		Technical:


The bullet 3 needs clarification.  What means “as described below” ?


(OMA-POC-2004-1132)

		



		2574

		2004.12.07

		CP 7.3.3.2.1

		Add “codecs and other media parameters” into the second substep of MIME SDP generation. There may be two instances in the sub-clause.


(OMA-POC-2004-1147)

		



		1096

		2004.12.01

		CP 7.4.1.1

		Editorial:


feature tag --> feature-tag


(OMA-POC-2004-1104)

		JW: Fixed



		1680

		2004.12.06

		CP 7.4.1.1

		Technical


Does the PoC Server act as a proxy or B2BUA?


If as a B2BUA when need to state that it copies the Request-URI and the other header values.


(OMA-POC-2004-1118)

		



		2131

		2004.12.06

		CP 7.4.1.1

		Editorial:


Remove space before the “.” in the bullet 1.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2132

		2004.12.06

		CP 7.4.1.1

		Editorial:


Add “PoC Server SHALL” after the “Upon receiving a SIP final response,”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2133

		2004.12.06

		CP 7.4.1.1 

		Technical:


Not defined what happens if privacy is requested in IPA.  Shall be clarified that the MESSAE request is rejected.


Nokia to contribute.


(OMA-POC-2004-1132)

		



		1097

		2004.12.01

		CP 7.4.1.2

		feature tag --> feature-tag


(OMA-POC-2004-1104)

		JW: Fixed



		1098

		2004.12.01

		CP 7.4.1.2

		SIP/IP core --> SIP/IP Core in 1 places


(OMA-POC-2004-1104)

		JW: Fixed



		1099

		2004.12.01

		CP 7.4.1.2

		Editorial:


Bullet 1: Double full stops ".." after originating network. 


(OMA-POC-2004-1104)

		JW: Fixed



		1681

		2004.12.06

		CP 7.4.1.2

		Technical


Does the PoC Server act as a proxy or B2BUA?


If as a B2BUA when need to state that it copies the Request-URI and the other header values.


(OMA-POC-2004-1118)

		



		1682

		2004.12.06

		CP 7.4.1.2

		Technical


The Reject List and Instant Personal Alert Barring Settings needs to be consistent with the XDM and PoC Settings terminology.


(OMA-POC-2004-1118)

		



		2134

		2004.12.06

		CP 7.4.1.2

		Technical:


Use “access rules” instead of “access lists” as specified in the XDM specification.


Nokia to contribute.


(OMA-POC-2004-1132)

		



		2135

		2004.12.06

		CP 7.4.1.2

		Editorial:


Remove an additional “.” In the bullet 1 and 2.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2136

		2004.12.06

		CP 7.4.1.2

		Editorial:


Change “user” to “PoC User” in the bullet 3.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2137

		2004.12.06

		CP 7.4.1.2

		Editorial:


Add “PoC Server SHALL” after the “Upon receiving a SIP final response,”.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		256 (254)

		2004.11.30

		CP 7.4.1.2

		Shall check authorization rules as defined in PoC XDM and not reject list, therefore replace first sentence (not whole paragraph) of bullet 1 with:


“SHALL check if the Authenticated Originator's PoC Address in the initial SIP MESSAGE request is “passed” by the rules associated to the Invited PoC User indicated by the Request-URI stored in the PoC XDMS as described in [POC-XDMS]”


(OMA-POC-2004-1091)

		[2004.12.03]


Valid comment.


AI: contribution assigned to Siemens



		1465

		2004.12.06

		CP all

		Editorial:


The definitions section contains an entry for “PoC Group Identity”.  However in the text of the document, most references to this term only use the words “Group Identity”.  Suggest making these consistent.


(OMA-POC-2004-1116)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed globally



		1961

		2004.12.06

		CP B

		A detailed example flow showing the bodies of the SIP messages exchanged (SDP bodies) and how the IP addresses and port numbers change needs to be added. Similarly also for the RTP, RTCP.  


(OMA-POC-2004-1129)

		



		1101

		2004.12.01

		CP B.1

		SIP/IP core --> SIP/IP Core in 4 places


(OMA-POC-2004-1104)

		JW: Fixed



		1194

		2004.12.01

		CP B.2

		Please rephrase the term “Port Address”. It’s misleading.


(OMA-POC-2004-1106)

		



		1195

		2004.12.01

		CP B.3

		Please rephrase the term “Port Address”. It’s misleading.


(OMA-POC-2004-1106)

		



		303 (300)

		2004.11.30

		CP C

		Technical:


Shall be clarified if the defined XML structures shall be registered in IANA.


(OMA-POC-2004-1093)

		[2004.12.03]


Valid comment.


Need for IANA registration, not necessarily before the consistency review. By WHOM open.


Also see [196]



		1102

		2004.12.01

		CP C.1.1

		Technical:


Normative text used in Informative section.


(OMA-POC-2004-1104)

		



		1103

		2004.12.01

		CP C.1.1

		Editorial:


PoC group -> PoC Group in 2 places


(OMA-POC-2004-1104)

		JW: Fixed



		1196

		2004.12.01

		CP C.1.1

		Editorial:


Typo in last paragraph: "s" -> "d"


"application/vns.poc.group-advertisement+xml" 


"application/vnd.poc.group-advertisement+xml"


(OMA-POC-2004-1106)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		195 (195)

		2004.11.29

		CP C.1.1

		Technical:


Need to reserve OMA namespace for XML schemas and register other items with IANA


Remove the Editors Notes and make this and other IANA registrations an Action Item for someone.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


Need for IANA registration, not necessarily before the consistency review. By WHOM open.


Also see [303]



		1104

		2004.12.01

		CP C.2

		Editorial:


feature tags --> feature-tags


(OMA-POC-2004-1104)

		JW: Fixed



		196 (195)

		2004.11.29

		CP C.2

		Technical:


Need to reserve OMA namespace for XML schemas and register other items with IANA


Remove the Editors Notes and make this and other IANA registrations an Action Item for someone.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


Need for IANA registration, not necessarily before the consistency review. By WHOM open.


Also see [303]



		197 (195)

		2004.11.29

		CP C.3

		Technical:


Need to reserve OMA namespace for XML schemas and register other items with IANA


Remove the Editors Notes and make this and other IANA registrations an Action Item for someone.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


Need for IANA registration, not necessarily before the consistency review. By WHOM open.


Also see [303]



		1105

		2004.12.01

		CP C.3.1

		Technical:


Normative text used in Informative section. 


(OMA-POC-2004-1104)

		



		1106

		2004.12.01

		CP C.3.1

		Technical:


The use of these parameters must be in normative text somewhere but this is an informative section so where?


(OMA-POC-2004-1104)

		



		1107

		2004.12.01

		CP C.3.1

		Is tb_granted usedin the fmt_list for TBCP???


(OMA-POC-2004-1104)

		



		1197

		2004.12.01

		CP C.3.1

		Please specify in which direction are the SDP parameters sent (UE→server, or server→UE)?


Please specify the meaning for each direction.


(OMA-POC-2004-1106)

		



		1198

		2004.12.01

		CP C.3.1

		As defined in 7.2.1.3 the parameter name should be “tb-granted”.


Please replace “tb_granted” → “tb-granted”


(OMA-POC-2004-1106)

		



		1199

		2004.12.01

		CP C.3.1

		The “poc-group-scan” and “poc_lock” parameters are described in next chapters C3.2.


Please delete the description here.


(OMA-POC-2004-1106)

		



		1683

		2004.12.06

		CP C.3.1

		Technical


Why do we use poc-group-scan as the token for PoC Session Priority? The token doesn’t fit the description and this might cause issues with the IANA registration.


Propose to change poc-group-scan to poc_sess_priority and priority to tb_priority to avoid confusion


(OMA-POC-2004-1118)

		



		1684

		2004.12.06

		CP C.3.1

		Technical


No description of SDP offer-answer usage of these SDP fmtp parameters is currently included as required by RFC 3264


"The interpretation of fmtp parameters in an offer depends on the parameters.  In many cases, those parameters describe specific configurations of the media format, and should therefore be processed as the media format value itself would be.  This means that the same fmtp parameters with the same values MUST be present in the answer if the media format they describe is present in the answer.  Other fmtp parameters are more like parameters, for which it is perfectly acceptable for each agent to use different values.  In that case, the answer MAY contain fmtp parameters, and those MAY have the same values as those in the offer, or they MAY be different. SDP extensions that define new parameters SHOULD specify the proper interpretation in offer/answer.


Include SDP offer-answer usage description.


(OMA-POC-2004-1118)

		



		1685

		2004.12.06

		CP C.3.1

		Technical


It was decided previously that the "piggy backing" of Talk Burst Granted in SDP was an optional feature. This should be optional for both the PoC Client and the PoC Server and therefore needs to be negotiated. 


A change to include negotiation of support for SDP "piggy backed" Talk Burst Granted is needed.


(OMA-POC-2004-1118)

		



		171 (171)

		2004.11.29

		CP C.3.1

		Editorial:


Capitalize the first letter of “application” and “none” in Type name and Required parameters, respectively. 


e.g. 


Type name                     Application


Required parameters     None


(OMA-POC-2004-1073)

		[2004.11.26]


Valid comment.


AI: correction assigned to CP Editor as proposed in OMA-POC-2004-1074


JW: Fixed



		172 (172)

		2004.11.29

		CP C.3.1

		Editorial:


Delete “is” to correct a grammatical error in description of priority.


e.g.

If not present, Talk Burst Request messages from the PoC Client are handled using normal priority.


(OMA-POC-2004-1073)

		[2004.11.26]


Valid comment.


AI: correction assigned to CP Editor as proposed in OMA-POC-2004-1074


JW: Fixed



		173 (173)

		2004.11.29

		CP C.3.1

		Change “MAY” into “SHALL” in description of timestamp.


e.g. If 1, timestamp SHALL be sent in the Talk Burst request message. If 0 or if not present, timestamp SHALL NOT be sent.

(OMA-POC-2004-1073)

		[2004.11.26]


As this part is TBCP negotiation phase, even if value 1 is included, it does not mean the timestamp feature is mandatorily supported. Leave "MAY" as it is. However there was another comment that the description in this section was not clear.


Decision pending.


AI: contribution assigned by LG.



		1108

		2004.12.01

		CP C.3.1.1

		Editorial:


Paragraph after m=applicatio… have wrong indentation


(OMA-POC-2004-1104)

		 JW: Fixed



		1200

		2004.12.01

		CP C.3.1.1

		poc-group-scan and poc_lock are not fmtp parameters. Please change the last line


a=fmtp:TBCP queuing=1; priority=2; timestamp=1; tb-granted=1 (tb_granted=1; poc-group-scan=0; poc_lock=1)


(OMA-POC-2004-1106)

		



		1109

		2004.12.01

		CP C.3.2

		Technical:


This is a new SDP parameter and must be registered as such


(OMA-POC-2004-1104)

		



		1110

		2004.12.01

		CP C.3.2

		Technical:


Normative text used in Informative section. 


(OMA-POC-2004-1104)

		



		1111

		2004.12.01

		CP C.3.2

		Technical:


The use of the attribute must be in normative text somewhere but this is an informative section so where?


(OMA-POC-2004-1104)

		



		304 (301)

		2004.11.30

		CP C.3.2

		Editorial:


C.3.2 can be removed, because the issues are covered in the previous subclause (C.3.1).


(OMA-POC-2004-1093)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed (C.3.2 deleted and spec checked for any references that need to be changed to C.3.1)



		1112

		2004.12.01

		CP C.4.1

		UE --> PoC Client


(OMA-POC-2004-1104)

		



		1113

		2004.12.01

		CP C.4.1

		Editorial:


mixed font in the User-Agent/server headers section


(OMA-POC-2004-1104)

		JW: Fixed



		2326

		2004.12.07

		CP c.4.1

		Technical


The example with Acme-Talk5000/v1.01 is inconsistent with the ABNF because "server-val" must take on a value of the form  "PoC-".  For example, it would be acceptable to say "PoC-Acme-Talk5000/v1.01" because Acme-Talk5000 is a valid "token".  The following proposed edit reflects this suggestion:


User-Agent: PoC-client/OMA1.0 


Add:


"PoC-"


Continue:


Acme-Talk5000/v1.01


It is also possible to recast the ABNF, but we should consider what would constitute valid reasons to do so.


(OMA-POC-2004-1139)

		



		1201

		2004.12.01

		CP C.5

		The “sessiontype” parameter is unnecessary.


What happens if the UE uses wrong type? How does UE know the correct type? What happens if the user changes the type, but UE still remembers the old one?


Proposal: Remove the value. Use a simple “group” parameter to distinguish between users and groups.


(OMA-POC-2004-1106)

		



		305 (302)

		2004.11.30

		CP C.5

		Technical:


Can uri-parameter “session” be used without any registration?


(OMA-POC-2004-1093)

		[2004.12.03]


Valid comment.


Usage of this parameter seems to be inconsistent. Make reference to IETF? Various opinion expressed.


Handling this issue open



		1114

		2004.12.01

		CP C.5.1

		Editorial:


Last paragraph have wrong indent


(OMA-POC-2004-1104)

		JW: Fixed



		1115

		2004.12.01

		CP D

		Editorial:


Use same style of writing in all sections


(OMA-POC-2004-1104)

		



		1116

		2004.12.01

		CP D

		Use of PoC Server A&X maybe it should be use of PoC Server A and X, or PoC Server A and PoC Server X


(OMA-POC-2004-1104)

		



		198 (196)

		2004.11.29

		CP D

		Technical:


Flows need to identify SIP and SDP parameters that are used for the information elements and clearly identify dialogs and relationship.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


AI: contribution assigned to RIM.



		215 (213)

		2004.11.29

		CP D

		Technical:


Missing Flow for Group Advertisement


Need to Add flow for Group Advertisement.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment


AI: contribution assigned to RIM.



		216 (214)

		2004.11.29

		CP D

		Technical:


Missing Flow for Confirmed Indication using pre-established session


Need to Add flow for Confirmed Indication using pre-established session.


(OMA-POC-2004-1077)

		[2004.12.01]


Not worth while including the example in this busy time.


RIM thought it useful to include it.






		217 (215)

		2004.11.29

		CP D

		Technical:


Missing Flow for CANCEL


Need to Add flow for CANCEL.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment


AI: contribution assigned to Ericsson.



		218 (216)

		2004.11.29

		CP D

		Technical:


Missing Flow for Session Modification and Placing on Hold


Need to Add flow for Session Modification and Placing on Hold.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment


AI: contribution assigned to Nokia.



		219 (217)

		2004.11.29

		CP D

		Technical:


Missing Flow for Sending a BYE for Pre-established Session


Need to Add flow for Sending a BYE Pre-established Session.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment


AI: contribution assigned to Ericsson.



		220 (218)

		2004.11.29

		CP D

		Technical:


Missing Flow for Sending a BYE for On-demand session


Need to Add flow for Sending a BYE for On-demand session.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment


AI: contribution assigned to Ericsson.



		221 (219)

		2004.11.29

		CP D

		Technical:


Missing Flow for Simultaneous Session for On-demand session with Locking and Priority


Need to Add flow for Simultaneous Session for On-demand session with Locking and Priority.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment


AI: contribution assigned to Nokia.



		222 (220)

		2004.11.29

		CP D

		Technical:


Missing Flow for Simultaneous Session with Pre-established Session with Locking and Priority


Need to Add flow for Simultaneous Session with Pre-established Session with Locking and Priority.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment


AI: contribution assigned to Nokia.



		207 (205)

		2004.11.29

		CP D,4.2

		Technical:


Figure D.4.2 Needs formatting correctly it does not appear in normal mode in word. The Talk Burst control messages and Media are missing in this flow. Need to add a new Figure with Talk Burst control messages and Media.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment


AI: contribution assigned to Ericsson.



		1117

		2004.12.01

		CP D.1.1

		Editorial:


Figure text, user --> PoC User 


(OMA-POC-2004-1104)

		JW: Tapio to do because I don't have Visio



		1118

		2004.12.01

		CP D.1.1

		SIP/IP core --> SIP/IP Core in many places


(OMA-POC-2004-1104)

		JW: Fixed



		199 (197)

		2004.11.29

		CP D.1.1

		Technical:


The Talk Burst control messages and Media are missing in this flow. Need to add Talk Burst control messages and Media.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment


Agreed to add TB control messages and media in the flow.


AI: contribution assigned to Nokia.



		1119

		2004.12.01

		CP D.1.2

		Editorial:


Section heading say Originating flow but isn't this terminating flow?


(OMA-POC-2004-1104)

		JW: Tapio please fix this because I don't have Visio



		1120

		2004.12.01

		CP D.1.2

		SIP/IP core --> SIP/IP Core in many places


(OMA-POC-2004-1104)

		JW: Fixed



		1121

		2004.12.01

		CP D.1.2

		Editorial:


Step 101 and 102 Talk Burst status message is unknown


(OMA-POC-2004-1104)

		



		1686

		2004.12.06

		CP D.1.2

		Technical:


Step 8. "The PoC Server B informs the PoC Client B of the incoming invitation using Talk Burst control mechanism"


This is not shown in the Figure and needs to be a separate step in the flow.


(OMA-POC-2004-1118)

		



		200 (198)

		2004.11.29

		CP D.1.2

		Editorial:


The flow is incorrectly titled "Originating" when it is the Terminating flow.


Re-title as "Terminating".


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		201 (199)

		2004.11.29

		CP D.1.2

		Editorial:


Align Talk Burst Control message identification with other flows.


Re-label as "A", "B".


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor


JW: Tapio please fix because I don't have Visio



		202 (200)

		2004.11.29

		CP D.1.2

		Editorial:


Editor's Note: The current text in this clause is currently included for illustrative purposes only and needs to be reviewed before being accepted should be removed. The text has been reviewed and enhanced but the deletion of the Editor's Note was neglected.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1122

		2004.12.01

		CP D.2

		SIP/IP core --> SIP/IP Core in many places


(OMA-POC-2004-1104)

		JW: Fixed



		1123

		2004.12.01

		CP D.3.1

		SIP/IP core --> SIP/IP Core in many places


(OMA-POC-2004-1104)

		JW: Fixed



		1124

		2004.12.01

		CP D.3.1

		Indent av 102 is wrong


(OMA-POC-2004-1104)

		JW: Fixed



		1125

		2004.12.01

		CP D.3.1

		Editorial:


In step 102 Media should be RTP Media


(OMA-POC-2004-1104)

		JW: Fixed



		203 (201)

		2004.11.29

		CP D.3.1

		Technical:


200 OK from the terminating network needs to be added to the diagram and steps to clarify that it is not transferred to the PoC Client A.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment


AI: contribution assigned to Ericsson.



		204 (202)

		2004.11.29

		CP D.3.1

		Editorial:


Align Talk Burst Control message identification with other flows.


Re-label as "A", "B".


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor (included in Ericsson's contribution)  



		1126

		2004.12.01

		CP D.3.2

		SIP/IP core --> SIP/IP Core in many places


(OMA-POC-2004-1104)

		JW: Fixed



		1127

		2004.12.01

		CP D.3.2

		Editorial:


Remove blank lines


(OMA-POC-2004-1104)

		JW: Fixed



		1128

		2004.12.01

		CP D.3.2

		Editorial:


Step 5: PoC Server A&X --> PoC Server A


(OMA-POC-2004-1104)

		



		1129

		2004.12.01

		CP D.3.2

		Editorial:


In step 102 Media should be RTP Media


(OMA-POC-2004-1104)

		JW: Fixed



		205 (203)

		2004.11.29

		CP D.3.2

		Editorial:


Align Talk Burst Control message identification with other flows.


Re-label as "A", "B".


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor



		1130

		2004.12.01

		CP D.4.1

		Editorial:


Figures shall be numbered Figure 1, Figure 2, etc. (according to 752R02 agreement)


(OMA-POC-2004-1104)

		



		1131

		2004.12.01

		CP D.4.1

		Editorial:


Remove blank lines


(OMA-POC-2004-1104)

		JW: Fixed



		1132

		2004.12.01

		CP D.4.1

		SIP/IP core --> SIP/IP Core in many places


(OMA-POC-2004-1104)

		JW: Fixed



		206 (204)

		2004.11.29

		CP D.4.1

		Technical:


Figure D.4.1 Needs formatting correctly it does not appear in normal mode in word. The Talk Burst control messages and Media are missing in this flow. Need to add a new Figure with Talk Burst control messages and Media.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment


AI: contribution assigned to Ericsson.



		1133

		2004.12.01

		CP D.4.2

		Editorial:


Figure D.4.2 missing


(OMA-POC-2004-1104)

		JW: Also flow description format needs to aligned with previous sections 



		1134

		2004.12.01

		CP D.4.2

		SIP/IP core --> SIP/IP Core in many places


(OMA-POC-2004-1104)

		JW: Fixed



		208 (206)

		2004.11.29

		CP D.5.1

		Editorial:


The format of the steps of this flow needs alignment with the earlier flows.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor


JW: TBD (large edit that requires contribution)



		1135

		2004.12.01

		CP D.5.2

		Editorial:


Note have wrong indent


(OMA-POC-2004-1104)

		JW: Fixed



		1136

		2004.12.01

		CP D.5.2

		Editorial:


feature tag --> feature-tag


(OMA-POC-2004-1104)

		JW: Fixed



		209 (207)

		2004.11.29

		CP D.5.2

		Editorial:


The format of the steps of this flow needs alignment with the earlier flows.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor


JW: TBD (large edit that requires contribution)



		1137

		2004.12.01

		CP D.6

		Editorial:


feature tag --> feature-tag in 3 places


(OMA-POC-2004-1104)

		JW: Fixed



		1138

		2004.12.01

		CP D.6

		Editorial:


Bullet 5 make it to one paragraph


(OMA-POC-2004-1104)

		JW: Fixed



		210 (208)

		2004.11.29

		CP D.6

		Editorial:


The format of the steps of this flow needs alignment with the earlier flows.

		[2004.12.01]


Valid comment.


AI: correction assigned to CP Editor JW: TBD (large edit that requires contribution)



		1139

		2004.12.01

		CP D.7.1

		Editorial:


Typo in first paragraph: sSession --> Session


(OMA-POC-2004-1104)

		JW: Fixed



		211 (209)

		2004.11.29

		CP D.7.1

		Technical:


The ACK is missing in this flow. Need to add ACK  request.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment


AI: contribution assigned to Nokia.



		212 (210)

		2004.11.29

		CP D.7.1

		Technical:


The Talk Burst control messages and Media are missing in this flow. Need to add Talk Burst control messages and Media.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment


AI: contribution assigned to Nokia.



		2235

		2004.12.06

		CP D.7.1

		Technical:


PoC Session Identifier


is used only in steps 5 and 7 of D.7.1 while “PoC Session Identity” is used in step 1. 


Proposal: It would be more readable to use “PoC Session Identity” in steps 5 and 7 of D.7.1 and remove “PoC Session Identifier” from 3.2.


(OMA-POC-2004-1141)

		



		1140

		2004.12.01

		CP D.8.1

		Editorial:


Remove blank lines


(OMA-POC-2004-1104)

		JW: Fixed



		1141

		2004.12.01

		CP D.8.1

		Editorial:


Why is there a D.8.1 section when there are no D.8.2 section. D.8 is sufficient


(OMA-POC-2004-1104)

		



		213 (211)

		2004.11.29

		CP D.8.1

		Technical:


The ACK is missing in this flow. Need to add ACK  request.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment


AI: contribution assigned to Nokia.



		214 (212)

		2004.11.29

		CP D.8.1

		Technical:


The Media is missing in this flow. Need to add flow for the Media.


(OMA-POC-2004-1077)

		[2004.12.01]


Valid comment


AI: contribution assigned to Nokia.



		2232

		2004.12.06

		CP D.8.1

		Technical:


PoC Group Identifier


is missing in 3.2. It is used only in step 5 of D.8.1 while in step 1 “PoC Group Identity” is used. 


Proposal: Use “PoC Group Identity” also in step 5 of D.8.1.


(OMA-POC-2004-1141)

		



		1142

		2004.12.01

		CP D.9

		Editorial:


Heading of clause change poc to PoC


(OMA-POC-2004-1104)

		JW: Fixed



		1143

		2004.12.01

		CP D.9

		SIP/IP core --> SIP/IP Core in many places


(OMA-POC-2004-1104)

		JW: Fixed



		2138

		2004.12.06

		CP E

		Editorial:


Remove the empty page.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		2139

		2004.12.06

		CP E

		Technical:


The AC file for initial provisioning and MO file for continuous provisioning are under the sanity review of OMA DM wg.


Nokia to contribute.


(OMA-POC-2004-1132)

		[2004.12.07]


A question was raised but it was unanswered due to absence of the expert.


[2004.12.08]There are a lot of parameters, Vodafone concerned. Most parameters over the air need to be adjustable. Microsoft insists on these parameters be read-only. This is a part of DM WG, PoC WG shall keep this issues in mind.



		2140

		2004.12.06

		CP E

		Technical:


OMNA registration for PoC provisioning APPID, and AC, MO files is missing.


(OMA-POC-2004-1132)

		



		2141

		2004.12.06

		CP E

		Technical:


Also exploder-URI shall be provisioned.


Nokia to contribute.


(OMA-POC-2004-1132)

		



		1100

		2004.12.01

		CP F

		Technical:


Static Conformance Requirement, Should be NORMATIVE instead of Informative?


(OMA-POC-2004-1104)

		



		2142

		2004.12.06

		CP F

		Editorial:


Should we have more comprehensive description about the syntax of SCR tables as PAG has in the POC-XDM Specification ?  (Valid also for UP).


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: TBD (need to copy ext fro POC-XDM spec)



		2544

		2004.12.07

		CP F

		Technical:


Should we add cases to SCR table to cover privacy/anonymity requests.


(OMA-POC-2004-1145)

		



		2144

		2004.12.06

		CP F.1.4

		Technical:


Shall be taken account the session initiation policies (7.2.1.14) in SCRs.


(OMA-POC-2004-1132)

		



		2145

		2004.12.06

		CP F.1.4

		Technical:


Shall be taken account the session adding policies (7.2.1.15) in SCRs.


(OMA-POC-2004-1132)

		



		2143

		2004.12.06

		CP F.1.8

		Technical


Change IPA sending (PoCCPSpec-CUO-C-002) mandatory, because it is mandatory according to RD (6.1.3).


(OMA-POC-2004-1132)

		



		2146

		2004.12.06

		CP F.1.9

		Technical:


Shall be clarified if auto answer is mandatory and manual answer is optional.  See RD 6.1.4.3, there manual answer is clearly optional, but difficult to say, if auto answer is mandatory.


(OMA-POC-2004-1132)

		



		306 (303)

		2004.11.30

		CP F.2.7.1

		Technical:


The termination policy cases are not separately covered.


(OMA-POC-2004-1093)

		[2004.12.03]


Validity questioned. Issue forwarded to email discussion.



		1144

		2004.12.01

		CP Figures

		Editorial: 


Figure references are missing


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed - list of figures added to contents section  (Links to bookmarks need to be added)



		1145

		2004.12.01

		CP General

		Here and there the text say "if the PoC Server acts as a B2BUA", can it be something else than that?


(OMA-POC-2004-1104)

		



		1975

		2004.12.06

		CP General

		Editorial:


“Display name” should be changed to e.g. “Nick name”, because OMA PoC doesn’t specify what exactly is displayed to the user.  In some circumstances the PoC Client may show a local display name, which is different from the one received over the air.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1976

		2004.12.06

		CP General

		Technical:


Shall be clarified if the display name (or nick name) is provisioned, is it provisioned in the PoC Server or in the PoC XDMS as a part of the group member identity (this can’t be used in the 1-1 and Ad-hoc PoC Sessions).


Nokia to contribute.


(OMA-POC-2004-1132)

		



		1994

		2004.12.06

		CP General

		Editorial:


Change “termination” to “release” everywhere, when discussed about session release.


(OMA-POC-2004-1132)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		2197

		2004.12.06

		CP General

		 The “rules and procedures of [RFC3892] say that the Referred-By header is a copy of the Referred-By received in the Refer that triggered the INVITE. 


An RFC-compliant PoC function does not populate that header itself; it only copies. 


As in OMA PoC in case of on-demand also INVITE triggered INVITEs including a Refered-by header, we propose the following CR:


Proposal: Replace “bullet 5” with


[Start]-------------------------------


“5. SHALL include a Referred-By header.  


That header SHALL be a copy of the Referred-By header of the REFER request that triggered the INVITE, in accordance with [RFC3892] 


If this INVITE was triggered by a REFER or INVITE that did not contain such a header, the Referred-By SHALL be set to the content of the Authenticated Originator’s PoC address of these trigger messages.


NOTE: This use of Referred-By is not in full accordance with [RFC3892].


[Stop ]-------------------------------


(OMA-POC-2004-1138)

		



		903

		2004.12.01

		CP General

		Technical:


SIP/IP Core --> SIP/IP core in many places. Or should we define SIP/IP Core.


(OMA-POC-2004-1104)

		JW: We should align with the PAG definition. This includes a statement that (because security has yet to be defined for generic SIP/IP cores) PoC RELEASE 1 is for IMS based SIP/IP Cores only.



		1146

		2004.12.01

		CP Tables

		Editorial: 


Tables references are missing


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: We don't have any tables ?



		904

		2004.12.01

		CP The whole document

		Editorial: 


Notes shall be formatted as "NO" not "Normal indented"


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor JW: Fixed



		905

		2004.12.01

		CP The whole document

		Editorial: 


Use numbered bullets using the template not own invented style. This how you create a level 1 numbered bullet: Change to "Normal" style and click on the "1 2 3" tool in the tool bar where you have style, font, etc. Level 2 and level 3 numbered bullets are created using the same tool but also clicking 1 or 2 times on tab right.


(OMA-POC-2004-1104)

		[2004.12.03]


Valid comment.


AI: correction assigned to CP Editor


JW: TBD  (I notice that the UP spec uses LIST where the CP uses Norm Bullet) ?



		906

		2004.12.01

		CP The whole document

		Editorial:


Remove empty line and superfluous spaces (switch on hidden characters to see better)


(OMA-POC-2004-1104)

		JW: Fixed (but there are bound to be a few that I have missed)



		1574

		2004.12.06

		CP.7.2.1.2

		Technical


5. validate that the new Media Parameters are acceptable by the PoC Server and if not reject the request with a SIP 488 “Not Acceptable Here” response.


Does the 488 response contain SDP with the codecs and Talk Burst parameters supported?


(OMA-POC-2004-1118)

		



		1575

		2004.12.06

		CP.7.2.1.2

		Editorial


a) SHALL include a MIME SDP body as a SDP answer in the 200 “OK” response according to rules and procedures of [RFC3264] and [RFC2327] as follows:


Modify to 


a) SHALL include a MIME SDP body in the SIP 200 “OK” response as a SDP answer according to rules and procedures of [RFC3264] and [RFC2327] as follows:


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed



		1576

		2004.12.06

		CP.7.2.1.2

		Technical


ii. The selected codec; 


Be more specific here and cover transcoding:


PROPOSAL:


ii. A codec selected from that contained in the original SDP offer from the PoC Client that were also contained in the SDP offer sent by the PoC Server or can be transcoded to the codec(s) contained in the SDP offer sent by the PoC Server


This occurs twice in this subclause


(OMA-POC-2004-1118)

		



		1580

		2004.12.06

		CP.7.2.1.3

		Technical


ii. The selected codec; 


Be more specific here and cover transcoding:


PROPOSAL:


ii. A codec selected from that contained in the original SDP offer from the PoC Client that were also contained in the SDP offer sent by the PoC Server or can be transcoded to the codec(s) contained in the SDP offer sent by the PoC Server


This occurs three times in this subclause


(OMA-POC-2004-1118)

		



		1582

		2004.12.06

		CP.7.2.1.4

		Technical


3. SHALL check whether the Authenticated Originator's PoC Address of the joining PoC User is allowed to join by performing the actions specified in subclause 7.2.1.6 "PoC Session joining policy". If it is not allowed to join the PoC Server performing the Controlling PoC Function SHALL respond with a SIP 4xx response to the originating network. Otherwise, continue with the rest of the steps


4xx response should be 403 "Forbiden" response


(OMA-POC-2004-1118)

		



		1583

		2004.12.06

		CP.7.2.1.4

		Technical


ii. The selected codec; 


Be more specific here and cover transcoding:


PROPOSAL:


ii. A codec selected from that contained in the original SDP offer from the PoC Client that were also contained in the SDP offer sent by the PoC Server or can be transcoded to the codec(s) contained in the SDP offer sent by the PoC Server


(OMA-POC-2004-1118)

		



		1585

		2004.12.06

		CP.7.2.1.5

		Editorial


8. SHALL accept the SIP request and generate with a SIP 200 "OK" response to the SIP INVITE request as specified in the subclause 7.2.1.1 “General”. The SIP 200 "OK" response SHALL 


a) include a MIME SDP body as a SDP answer according to rules and procedures of [RFC3264] and [RFC2327] as follows:


Modify to


8. SHALL accept the SIP request and generate with a SIP 200 "OK" response to the SIP INVITE request as specified in the subclause 7.2.1.1 “General”. The PoC Server: 


a) SHALL include a MIME SDP body in the SIP 200 "OK" response as a SDP answer according to rules and procedures of [RFC3264] and [RFC2327] as follows:


(OMA-POC-2004-1118)

		[2004.12.06]


Valid comment.


AI: correction assigned to CP Editor


JW: Fixed – Last CP editorial comment.






		1586

		2004.12.06

		CP.7.2.1.5

		Technical


ii. The selected codec; 


Be more specific here and cover transcoding:


PROPOSAL:


ii. A codec selected from that contained in the original SDP offer from the PoC Client that were also contained in the SDP offer sent by the PoC Server or can be transcoded to the codec(s) contained in the SDP offer sent by the PoC Server


(OMA-POC-2004-1118)

		



		1618

		2004.12.06

		CP.7.3.1.2

		Technical


5. SHALL validate that the new Media Parameters are acceptable by the PoC Server and if not reject the request with a SIP 488 “Not Acceptable Here” response.


Does the 488 response contain SDP with the codecs and Talk Burst parameters supported?


(OMA-POC-2004-1118)

		



		1619

		2004.12.06

		CP.7.3.1.2

		Technical


7. SHALL generate and sends a SIP 200 "OK" response to the SIP INVITE request to the SIP/IP Core along the signalling path, indicating the Group Identity identifying the Pre-established Session in the Contact header and indicating the "isfocus" feature parameter and the PoC feature-tag '+g.poc.talkburst'. The SIP 200 "OK" response SHALL include a MIME SDP body as a SDP answer according to rules and procedures of [RFC3264] and [RFC2327] as follows:


The following items need to be Specified for this 200 OK:


Server Header


Authenticated Originator's PoC Address


Session Expires and Require timer


Start the Session timer


Allow Header


The send should be broken out into a separate bullet after all the 200 Ok contents are filled out.


Contribution required


(OMA-POC-2004-1118)

		



		1620

		2004.12.06

		CP.7.3.1.2

		Technical


b) The selected codec;


What happens if the PoC Client offers more than one Codec (e.g. both AMR and EVRC)? Can the PoC Server select more than one of them and then use the most appropriate one during the Poc Session?


This clause also needs to indicate that the codec(s) in the answer must be from those that were offered.


(OMA-POC-2004-1118)

		



		2149

		2004.12.06

		EREDL 6.

		Technical:


Should we mention also transcoding in the optional functionality of the Participating PoC function.


(OMA-POC-2004-1133)

		



		682 (668)

		2004.12.01

		ERELD

		Editorial:


Font Arial is used even if template has Times New Roman. Change font


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		640 (626)

		2004.12.01

		ERELD 1

		Editorial:


section 5--> clause 5


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		641 (627)

		2004.12.01

		ERELD 2.1

		Editorial:


Note a shall be Note 1


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		642 (628)

		2004.12.01

		ERELD 2.1

		Editorial:


Note shall be NOTE 1 and formatted using "NO" instead of "Normal".


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		643 (629)

		2004.12.01

		ERELD 3.2

		Editorial:


Check terminology participant --> Participant Controlling PoC function --> Controlling PoC Function PoC client -- > PoC Client


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		644 (630)

		2004.12.01

		ERELD 3.2

		Editorial:


Remove superfluous spaces and the empty line (turn on hidden characters to see better)


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		646 (632)

		2004.12.01

		ERELD 3.2 Group

		Technical:


The Group is used for easy PoC Session establishment  --> The Group is used for efficient PoC Session establishment


(OMA-POC-2004-1084)

		



		647 (633)

		2004.12.01

		ERELD 3.2 Media Parameters

		Technical:


Old text:


The information transmitted between the PoC Server and the PoC Client in order to alter the settings of the PoC Client.  Media Parameters are transmitted by SIP/SDP messages


New proposal:


An item of information that describe and mandate the transport and encoding of the media intended to be used in the session. The information is transmitted between the PoC Servers and the PoC Clients using SIP/SDP messages.


(OMA-POC-2004-1084)

		



		648 (634)

		2004.12.01

		ERELD 3.2 RTCP Session

		Technical:


A RTCP Session is considered as an exchange of RTCP control information between two PoC functional entities. Remove all together since RTCP is always part of the RTP session


(OMA-POC-2004-1084)

		



		645 (631)

		2004.12.01

		ERELD 3.2 RTP Session

		Technical:


A RTP Session is considered as an exchange of RTP media streams between two PoC functional entities --> A RTP Session is considered as an association that allows exchange of RTP media streams and RTCP messages among a set of PoC functional entities


(OMA-POC-2004-1084)

		



		649 (635)

		2004.12.01

		ERELD 3.2 SigComp

		Technical:


Text based signaling compression mechanism specified in [RFC3320]. --> A mechanism that provides compression of text based application protocols such as SIP


(OMA-POC-2004-1084)

		



		650 (636)

		2004.12.01

		ERELD 3.3 RTP

		Editorial:


Real Time Protocol --> Real-time Transport Protocol


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		636 (622)

		2004.12.01

		ERELD 4

		Editorial:


Remove  the empty lines (turn on hidden characters to see better)


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		652 (638)

		2004.12.01

		ERELD 4 

		Editorial:


Wrong terminology that do not follow definitions in Section 3; Some examples: client, servers, POC, PoC session, pre-established session. Change to PoC Client, PoC Server, PoC, PoC Session, Pre-established Session


(OMA-POC-2004-1084)

		



		653 (639)

		2004.12.01

		ERELD 4 

		Technical: 


What is 1-to-1 communication feature, 1-to-many communication feature and personal alert feature, they are not in section 3. Add to section 3 or change terminology


(OMA-POC-2004-1084)

		



		651 (637)

		2004.12.01

		ERELD 4 bullet 2

		Editorial:


of other subscribers --> of other PoC Subscribers


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		637 (623)

		2004.12.01

		ERELD 5

		Technical:


Add the PoC-XDM specification to the table and to the package!


(OMA-POC-2004-1084)

		



		638 (624)

		2004.12.01

		ERELD 5

		Technical:


The ETR should not be part of the enabler package (i.e. ETR is part of the review package not part of the enabler)


(OMA-POC-2004-1084)

		



		654 (640)

		2004.12.01

		ERELD 5

		Editorial:


Check terminology control plane --> Control Plane User plane --> User Plane


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		1215

		2004.12.01

		ERELD 6

		1.  The ERELD section 6 seems to be missing floor control - is this the same as Talk Burst Control Protocol?  Should the name "floor control" be used or updated in the RD for consistency?


(Mail from Mr Kevin Holley, Message-ID:  <89269E8F940DD511B01B00508BF95E280AEEBC6E@MISTY>, on behalf of REQ)

		



		639 (625)

		2004.12.01

		ERELD 6

		Technical:


Should not the PoC-XDM server be mentioned here


(OMA-POC-2004-1084)

		



		655 (641)

		2004.12.01

		ERELD 6

		Editorial:


section --> clause

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		656 (642)

		2004.12.01

		ERELD 6

		Editorial:


Check terminology Chat group --> Chat PoC Group incoming session invitations --> incoming PoC Session invitations, etc, etc


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		657 (643)

		2004.12.01

		ERELD 6

		Editorial:


Remove  the empty lines (turn on hidden characters to see better)


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		658 (644)

		2004.12.01

		ERELD 6

		Editorial:


The minimum mandatory functionality for PoC client and server includes --> The minimum mandatory functionality for PoC client and PoC Server includes


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		659 (645)

		2004.12.01

		ERELD 6

		Technical:


According to RD is Quality feed back mandatory, i.e. · Media control by supporting RTCP Sender Report/Receiver Report (SR/RR) compound packets is mandatory according to RD. Should not be in the list of optional PoC Client features.


(OMA-POC-2004-1084)

		



		660 (646)

		2004.12.01

		ERELD 6

		Technical:


Media control by supporting quality feed back is mandatory. Should not be in the list of optional PoC Server features.


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		661 (647)

		2004.12.01

		ERELD 6

		Editorial:


Service level registration and de-registration --> Registration and de-registration


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		662 (648)

		2004.12.01

		ERELD 6

		Editorial:


Be more explicit about timer handling. Is it needed?


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		663 (649)

		2004.12.01

		ERELD 6 bullet 1

		Editorial:


Incoming Session Barring --> · Activation and deactivation of Incoming Session Barring PoC service setting


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		664 (650)

		2004.12.01

		ERELD 6 bullet 2

		Editorial:


Align bullet style in bullet 2 to be the same as in bullet 1


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		665 (651)

		2004.12.01

		ERELD 6 bullet 2

		Editorial:


Manual or Automatic Answer Session establishment --> · Manual or Automatic Answer PoC Session establishment


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		2148

		2004.12.06

		ERELD 6.

		Technical:


In “2. PoC Server” the “Manual or Automatic Answer Session establishment” shall be reworded e.g. to “Manual or Automatic Answer Mode handling in the PoC Session establishment”.  


(OMA-POC-2004-1133)

		



		666 (652)

		2004.12.01

		ERELD 7

		Editorial:


section --> clause chapter --> clauses


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		667 (653)

		2004.12.01

		ERELD 7

		Editorial:


Remove  the empty lines (turn on hidden characters to see better)


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		668 (654)

		2004.12.01

		ERELD 8 Table 1

		Technical:


Identity of User Plane Spec is PoC_UserPlaneV1 not PoCUPSpec (this may be wrong but we have to decide what it is)


(OMA-POC-2004-1084)

		



		669 (655)

		2004.12.01

		ERELD 8 Table 1

		Technical:


Can a note replace SCR syntax? It should be a list of optional items with empty requirements column in resp spec.


(OMA-POC-2004-1084)

		



		670 (656)

		2004.12.01

		ERELD 8 Table 1

		Editorial:


Note a) shall be Note 1, Note b) shall be Note 2


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		671 (657)

		2004.12.01

		ERELD 8 table 1 below

		Editorial:


Notes shall be formatted as "NO" and not "Normal" and shall be NOTE 1: resp. NOTE 2:


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		672 (658)

		2004.12.01

		ERELD 8 table caption

		Editorial:


Caption should be above table


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		673 (659)

		2004.12.01

		ERELD 9

		Editorial:


section --> clause


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		674 (660)

		2004.12.01

		ERELD 9 table 2

		Technical:


Identity of User Plane Spec is PoC_UserPlaneV1 not PoCUPSpec (this may be wrong but we have to decide what it is)


(OMA-POC-2004-1084)

		



		675 (661)

		2004.12.01

		ERELD 9 Table 2

		Technical:


Can a note replace SCR syntax? It should be a list of optional items with empty requirements column in resp spec.


(OMA-POC-2004-1084)

		



		676 (662)

		2004.12.01

		ERELD 9 Table 2

		Technical:


Row 1 and row 2 points to the same set of item and does not uniquely identify Participating resp Controlling PoC Function.  


(OMA-POC-2004-1084)

		



		677 (663)

		2004.12.01

		ERELD 9 Table 2

		Editorial:


Note a) shall be Note 1, Note b) shall be Note 2.


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		678 (664)

		2004.12.01

		ERELD 9 Table 2 

		Technical: Row 1 and row 2 points to the same set of item and does not uniquely identify Participating resp. Controlling PoC Function. Should be PoCCPSpec-PTR: MSF AND ... 


(OMA-POC-2004-1084)

		



		679 (665)

		2004.12.01

		ERELD 9 table 2 below

		Editorial:


Notes shall be formatted as "NO" and not "Normal" and shall be NOTE 1: resp. NOTE 2:


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		680 (666)

		2004.12.01

		ERELD 9 table 2 caption

		Editorial:


Caption should be above table


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		681 (667)

		2004.12.01

		ERELD A.2

		Editorial:


Missing data in Document Id. Add " full ERELD doc name


(OMA-POC-2004-1084)

		[2004.12.01]


Valid comment.


AI: correction assigned to ERELD Editor



		2147

		2004.12.06

		ERELD General

		Editorial:


Change “Simultaneous sessions” to “Simultaneous PoC Sessions”, “Pre-established session” to “Pre-established Session”, “Talk burst” to “Talk Burst”, “Talker identification” to “Talker Identification”. 


(OMA-POC-2004-1133)

		[2004.12.07]


Valid comment.


AI: correction assigned to ERELD Editor



		1236

		2004.12.03

		ETR 0 General

		Technical: 


User plane adaptation test cases missing.


(OMA-POC-2004-1112)

		



		1237

		2004.12.03

		ETR 0 General

		Technical: 


Why do we not introduce an extra column in table and include the relevant SCR items in that column? This would then also guarantee that the test case is implemented.


(OMA-POC-2004-1112)

		



		1238

		2004.12.03

		ETR 1

		Editorial: 


Remove empty line (switch on hidden characters to see better)


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		016 (016)

		2004.11.25

		ETR 2.1

		Group management, Presence and Device Management are the normative references which are still denoted as "xx" with editor's note. Now this time, after submission for the consistency review by PAG WG, it is possible to specify the specification packages. It would not be necessary to write all the specifications separately but only as the package as these specifications are not referenced separately in the ETR. Remove the editor's note when the necessary corrections are done.


(OMA-POC-2004-1060)

		[2004.11.26]


Valid comment.


Contribution OMA-POC-2004-1061 was presented.


There was another opinion that, rather than putting the package names, their ERELD shall be written in the normative document section.


AI: Siemens to revise contribution


[2004.11.29]


Solution in OMA-POC-2004-1061R01 was discussed and agreed.



		1239

		2004.12.03

		ETR 2.1

		Editorial: 


Include references to [OMA-GMxx], [OMA-GMxx], [OMA-DMzz] and remove editor's note.


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1962

		2004.12.06

		ETR 2.1

		[ERELD) -> spelling mistake within reference "Release"


(OMA-POC-2004-1130)

		



		1240

		2004.12.03

		ETR 2.2

		Editorial: 


Remove empty line (switch on hidden characters to see better)


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1241

		2004.12.03

		ETR 3.2

		Editorial: 


Check terminology. Participant --> Participant, PoC function --> PoC Function, etc


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1963

		2004.12.06

		ETR 3.2

		Through this section a spelling mistake, change signaling not signalling


(OMA-POC-2004-1130)

		



		257 (255)

		2004.11.30

		ETR 3.2

		Editorial:


Definitions not used in the ETR specification are included in the definitions table. Need to remove unused definitions.


(OMA-POC-2004-1092)

		[2004.12.01]


Valid comment.


AI: correction assigned to ETR Editor



		1242

		2004.12.03

		ETR 3.2 Group

		Technical: 


The Group is used for easy PoC Session establishment --> The Group is used for efficient PoC Session establishment 


(OMA-POC-2004-1112)

		



		1243

		2004.12.03

		ETR 3.2 RTCP Session

		Technical: 


A RTCP Session is considered as an exchange of RTCP control information between two PoC functional entities. Remove all together since RTCP is always part of the RTP session


(OMA-POC-2004-1112)

		



		1244

		2004.12.03

		ETR 3.2 RTP Session

		Technical: 


A RTP Session is considered as an exchange of RTP media streams between two PoC functional entities. Change to: A RTP Session is considered as an association that allows exchange of RTP media streams and RTCP messages among a set of PoC functional entities


(OMA-POC-2004-1112)

		



		1245

		2004.12.03

		ETR 3.2 SigComp

		Technical: 


Text based signaling compression mechanism specified in [RFC3320]. Change to: A mechanism that provides compression of text based application protocols such as SIP


(OMA-POC-2004-1112)

		



		1246

		2004.12.03

		ETR 3.3

		Editorial: 


Remove empty line (switch on hidden characters to see better)


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1247

		2004.12.03

		ETR 3.3

		Technical: 


Add NNI (Network-to-Network Interface)


(OMA-POC-2004-1112)

		



		1248

		2004.12.03

		ETR 4

		Editorial: 


Is to help guide the testing effort --> is to help and guide the testing effort


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1249

		2004.12.03

		ETR 4

		Editorial: 


Correct the names of the enablers (old name)


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1250

		2004.12.03

		ETR 5

		Editorial: 


Check terminology in 2:nd paragraph: pre-established-session --> Pre-established Session, etc


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1251

		2004.12.03

		ETR 5

		Editorial: 


section --> clause


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		2150

		2004.12.06

		ETR 5. and subclauses

		Technical/Editorial:


“Verify to” wording in every test case in the “Test Requirements” column sounds like an action (at least for non-native speakers); not a requirement.


Proposal:


Omit “Verify that” and keep just the expected results of testing.


Nokia to contribute.


(OMA-POC-2004-1134)

		



		017 (017)

		2004.11.25

		ETR 5.1

		The current ETR contains quite a lot of number of references to other specifications. They have been included in most of the items for the readers to find the relevant information in other specifications, mostly AD, CP and UP. However these references are connected to each item by item so that the readers may find difficulty in obtaining the systematic overview. It would be the true if the readers find AD, CP and UP are structured in well organized manner. Therefore, it is highly recommendable and needed that there should be a description in the ETR to help the readers to find the rough view how those specifications are organized with respect to the features, preferably with an example of flows. Once it is realized, the readers can find the relevant information from these specifications with additional material nearby the relevant chapters, the references included in each item in the ETR would not be needed any more.


(OMA-POC-2004-1060)

		[2004.11.26]


Valid comment.


Contribution OMA-POC-2004-1062 was presented and basically favored.


Re-wording and small corrections required. Comments on the contribution by IOP required.


AI: Siemens to revise contribution, distribute it to IOP-PoC for further comments.


[2004.12.06]


Siemens reported that the revised contribution had been presented at IOP-POC conf call the day before. IOP-POC favored rather to enrich the individual reference than removing them. Comment withdrawn.


Comments in OMA-POC-2004-1112 handle with this issue in line with IOP-POC. This was decided to be taken.






		1252

		2004.12.03

		ETR 5.1.1.1

		Editorial: 


Remove empty line (switch on hidden characters to see better) move table caption before table.


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1253

		2004.12.03

		ETR 5.1.1.1

		Editorial: 


Table caption shall be above the table.


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1254

		2004.12.03

		ETR 5.1.1.1 oError [01]

		Technical: 


Do we insert a reference where this handling is specified. Add Reference to 3GPP TS24.229 since this is where the failure mechanism is describe.


(OMA-POC-2004-1112)

		



		1234

		2004.12.01

		ETR 5.1.1.2

		Case 21 in referred section says, Verify that the invited party can receive the identity information of the Inviting PoC User. This is only true with following addition , " subject to privacy rules", as per section 6.1.4.3 of RD.


(OMA-POC-2004-1108)

		



		1235

		2004.12.01

		ETR 5.1.1.2

		Editorial:


Case 22, language is misleading. Please correct "Verify that the Group can be addressed and  the PoC Group Session can be initiated using the PoC Group Identity is possible.” "can be initiated" should read as "initiation".


(OMA-POC-2004-1108)

		[2004.12.03]


Valid comment.


AI: correction assigned to ETR Editor



		1255

		2004.12.03

		ETR 5.1.1.2

		Technical: 


In the table the expression "invited PoC Client" is used. There is no such thing. Change to "Invited PoC User".


(OMA-POC-2004-1112)

		



		1256

		2004.12.03

		ETR 5.1.1.2

		Editorial: 


Remove empty line (switch on hidden characters to see better)


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1257

		2004.12.03

		ETR 5.1.1.2 

		Editorial: 


Check terminology. PoC client --> PoC Client (several occurrences), session --> PoC Session (several occurrences), etc


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		226 (224)

		2004.11.30

		ETR 5.1.1.2

		Editorial:


[01] “Group” instead of “sGoup”


(OMA-POC-2004-1090)

		[2004.12.01]


Valid comment.


AI: correction assigned to ETR Editor



		227 (225)

		2004.11.30

		ETR 5.1.1.2

		Editorial:


[08] “User’s” instead of “sUer’s User”


(OMA-POC-2004-1090)

		[2004.12.01]


Valid comment.


AI: correction assigned to ETR Editor



		228 (226)

		2004.11.30

		ETR 5.1.1.2

		Editorial:


[22] Delete “is possible” from the end


(OMA-POC-2004-1090)

		[2004.12.01]


Valid comment.


AI: correction assigned to ETR Editor



		1293

		2004.12.03

		ETR 5.1.1.2 Error

		Technical: 


The error flows 01- 09 in the table cannot be regarded to be error cases. An error flows should be when the normal (including no answer, does not exist, etc cases) flow is broken, e.g. The inviting PoC User enters a tunnel.


(OMA-POC-2004-1112)

		



		1294

		2004.12.03

		ETR 5.1.1.2 Error [01]

		Editorial: 


Add reference CP 7.2.1.2, CP7.2.1.3


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1295

		2004.12.03

		ETR 5.1.1.2 Error [02]

		Technical: 


What is a PoC Group administrator. Definition required. The RD uses this expression. Have we implemented this. Is it the owner?


(OMA-POC-2004-1112)

		



		1296

		2004.12.03

		ETR 5.1.1.2 Error [02]

		Editorial: 


Add reference CP 7.2.1.3.


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1297

		2004.12.03

		ETR 5.1.1.2 Error [04]

		Technical: 


Do wee need to separate the case when the group does not exist (joining) and when the PoC Session is not longer active (re-joining).


(OMA-POC-2004-1112)

		



		1298

		2004.12.03

		ETR 5.1.1.2 Error [04]

		Editorial: 


Add reference CP 7.2.1.4


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1299

		2004.12.03

		ETR 5.1.1.2 Error [05]

		Technical: 


I do not understand the test case and it does not sound like an error flow.


(OMA-POC-2004-1112)

		



		1300

		2004.12.03

		ETR 5.1.1.2 Error [05]

		Editorial: 


Add reference CP 7.2.1.6?


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1301

		2004.12.03

		ETR 5.1.1.2 Error [06]

		Editorial: 


Add reference CP 7.2.1.6


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1302

		2004.12.03

		ETR 5.1.1.2 Error [07]

		Editorial: 


Add reference CP 7.2.1.6


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1303

		2004.12.03

		ETR 5.1.1.2 Error [09]

		Technical: 


What is the difference between this case and Error 03. Be more specific. 09 may be OK if ad-hoc (to many invited user's in the INVITE)


(OMA-POC-2004-1112)

		



		1304

		2004.12.03

		ETR 5.1.1.2 Error [10]

		Technical: 


This may be an error flow if more details around why the PoC User is not available (is the PoC User out of range e.g. In a tunnel?)


(OMA-POC-2004-1112)

		



		1305

		2004.12.03

		ETR 5.1.1.2 Error [11]

		Technical: 


Do we make a reference to a spec where to find the expected behaviour? 


(OMA-POC-2004-1112)

		



		1306

		2004.12.03

		ETR 5.1.1.2 Error [12]

		Technical: 


Do we make a reference to a spec where to find the expected behaviour? 


(OMA-POC-2004-1112)

		



		1258

		2004.12.03

		ETR 5.1.1.2 Normal [01] 

		Editorial:  


rGoup --> Group


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1259

		2004.12.03

		ETR 5.1.1.2 Normal [01]

		Editorial: 


Add Reference to AD 9.2.1.1, add CP 7.2.1.2.


Change CP 6.1.3.2.1 -> CP 6.1.3.2.


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1260

		2004.12.03

		ETR 5.1.1.2 Normal [02]

		Editorial: 


Change reference CP 6.1.3.2.1 -> CP 6.1.3.3


Add reference AD 9.2.1.1


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1261

		2004.12.03

		ETR 5.1.1.2 Normal [03]

		Editorial: 


Add reference AD 9.2.1.1


Change reference CP 6.1.3.2.2 -> CP 6.1.3.3.2


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1262

		2004.12.03

		ETR 5.1.1.2 Normal [04]

		Technical: 


There is no invited PoC Client in a Chat group talk


(OMA-POC-2004-1112)

		



		1263

		2004.12.03

		ETR 5.1.1.2 Normal [04]

		Editorial: 


Add reference AD 9.2.1.1


Change reference CP 6.1.3.2.2 -> CP 6.1.3.3.3


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1264

		2004.12.03

		ETR 5.1.1.2 Normal [05]

		Editorial: 


Add reference AD 9.2.2.3


Add reference CP 6.2.1.3.


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1265

		2004.12.03

		ETR 5.1.1.2 Normal [06]

		Editorial: 


Add reference AD 9.2.2.3


Add reference CP 6.2.1.3.


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1266

		2004.12.03

		ETR 5.1.1.2 Normal [07]

		Editorial: 


Add reference AD 9.2.2.3


Add reference CP 6.1.3.3


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1267

		2004.12.03

		ETR 5.1.1.2 Normal [08]

		Editorial: 


Invited PoC sUer's User -> Invited PoC User's


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1268

		2004.12.03

		ETR 5.1.1.2 Normal [08]

		Editorial: 


Add reference AD 8.17


Add reference CP 7.3.2.2


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1269

		2004.12.03

		ETR 5.1.1.2 Normal [08]

		Technical: 


Reject list is used, should it be changed to "access rules set to reject?"


(OMA-POC-2004-1112)

		



		1270

		2004.12.03

		ETR 5.1.1.2 Normal [08]

		Technical: 


Be more specific. This will only work if one PoC User is invited e.g. A 1-1 PoC session.


(OMA-POC-2004-1112)

		



		1271

		2004.12.03

		ETR 5.1.1.2 Normal [09]

		Technical: 


Be more specific. This will only work if one PoC User is invited e.g. A 1-1 PoC session.


(OMA-POC-2004-1112)

		



		1272

		2004.12.03

		ETR 5.1.1.2 Normal [09]

		Editorial: 


Add reference AD 8.17


Add reference CP 7.3.2.2


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1273

		2004.12.03

		ETR 5.1.1.2 Normal [11]

		Technical: 


Be more specific, e.g. When one PoC user leaves the 1-1 PoC Session the other PoC User is removed by the PoC Service entity. What is a PoC Service entity. Definition required!


(OMA-POC-2004-1112)

		



		1274

		2004.12.03

		ETR 5.1.1.2 Normal [11]

		Editorial: 


Add reference CP 7.2.2.4


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1275

		2004.12.03

		ETR 5.1.1.2 Normal [13]

		Editorial: 


Add reference CP 7.2.1.8


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1276

		2004.12.03

		ETR 5.1.1.2 Normal [14]

		Editorial:


Add reference CP 7.2.1.8


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1277

		2004.12.03

		ETR 5.1.1.2 Normal [15]

		Technical: 


Remove not implemented in this phase. Or should it be the initiator instead.


(OMA-POC-2004-1112)

		



		1278

		2004.12.03

		ETR 5.1.1.2 Normal [15]

		Editorial: 


Add reference CP 7.2.1.16


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1279

		2004.12.03

		ETR 5.1.1.2 Normal [16]

		Editorial: 


Be more specific e.g. Chat PoC Group Session termination


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1280

		2004.12.03

		ETR 5.1.1.2 Normal [16]

		Editorial: 


Add reference CP 7.2.1.16


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1281

		2004.12.03

		ETR 5.1.1.2 Normal [17]

		Editorial: 


Add reference CP 7.2.1.16


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1282

		2004.12.03

		ETR 5.1.1.2 Normal [18]

		Editorial: 


Be more specific e.g. Pre-arrange PoC Group session termination


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1283

		2004.12.03

		ETR 5.1.1.2 Normal [18]

		Editorial: 


Add reference CP 7.2.1.16


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1284

		2004.12.03

		ETR 5.1.1.2 Normal [19]

		Editorial: 


Add reference CP 7.2.1.16


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1285

		2004.12.03

		ETR 5.1.1.2 Normal [20]

		Editorial: 


Add reference UP 9.1


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1286

		2004.12.03

		ETR 5.1.1.2 Normal [21]

		Editorial: 


Add reference CP 7.2.1.16


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1287

		2004.12.03

		ETR 5.1.1.2 Normal [22]

		Editorial: 


Add reference CP 6.1.3.2.3  -> Pre-establish Session


Add reference CP 6.1.3.3.3   -> On-demand


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1288

		2004.12.03

		ETR 5.1.1.2 Normal [23]

		Technical: 


Be more specific. E.g. Adding one PoC User. In the second paragraph it sounds as if more than one is invited.


(OMA-POC-2004-1112)

		



		1289

		2004.12.03

		ETR 5.1.1.2 Normal [23]

		Technical: 


The "Notification of result of invitation as per invited PoC subscriber (RD 6.1.5.6)" is only implemented in CP if one PoC User is added unless the PoC Client suppresses the notification (option-tag “norefersub”) the this is not implemented at all.


(OMA-POC-2004-1112)

		



		1290

		2004.12.03

		ETR 5.1.1.2 Normal [23]

		Editorial: 


Add reference CP 6.1.7


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1291

		2004.12.03

		ETR 5.1.1.2 Normal [24]

		Editorial: 


Add reference UP 6.3.4


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1292

		2004.12.03

		ETR 5.1.1.2 Normal [25]

		Editorial: 


Add reference CP 7.2.1.16


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1307

		2004.12.03

		ETR 5.1.1.3

		Editorial: 


Remove empty line (switch on hidden characters to see better) move table caption before table.


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1324

		2004.12.03

		ETR 5.1.1.3 Error [01]

		Technical: 


This may be an error flow if more details around why the PoC User is not available (is the PoC User out of range e.g. In a tunnel?)


(OMA-POC-2004-1112)

		



		1325

		2004.12.03

		ETR 5.1.1.3 Error [02]

		Technical: 


Add a reference where the expected behaviour is described.


(OMA-POC-2004-1112)

		



		1326

		2004.12.03

		ETR 5.1.1.3 Error [03]

		Technical: 


What is malfunction? Add a external reference to where the expected behaviour is described.


(OMA-POC-2004-1112)

		



		1308

		2004.12.03

		ETR 5.1.1.3 Normal [01]

		Technical: 


The Hold function is optional in the terminal. Move to optional features tables. Change reference CP 6.1.4.2 to 6.1.4.2


(OMA-POC-2004-1112)

		



		1309

		2004.12.03

		ETR 5.1.1.3 Normal [01]

		Editorial: 


Change reference CP 6.1.4.2 to 6.1.4.2


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1310

		2004.12.03

		ETR 5.1.1.3 Normal [01]

		Technical: 


Optional procedure in CP but  mandatory in ETR


(OMA-POC-2004-1112)

		



		1311

		2004.12.03

		ETR 5.1.1.3 Normal [02, 03, 04, 05, 06?]

		Technical: 


Subscription of participant information is an optional feature. Move to optional features (table 6)


(OMA-POC-2004-1112)

		



		1312

		2004.12.03

		ETR 5.1.1.3 Normal [02]

		Technical: 


The one-off request not implemented in CP. (Can a better expression be used?)


(OMA-POC-2004-1112)

		



		1313

		2004.12.03

		ETR 5.1.1.3 Normal [02]

		Editorial: 


Add reference AD 9.10 and CP 7.2.1.11


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1314

		2004.12.03

		ETR 5.1.1.3 Normal [03]

		Editorial: 


Add reference AD 9.10 and CP 7.2.1.11


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1315

		2004.12.03

		ETR 5.1.1.3 Normal [03]

		Technical: 


Concept of Continuous mode defined only in the AD chapter 9.10. Not used in CP. Do we need to use it in CP.


(OMA-POC-2004-1112)

		



		1316

		2004.12.03

		ETR 5.1.1.3 Normal [04]

		Technical: 


The verify part includes "privacy". This is not mentioned in the test case. Isn't the privacy covered more general in 05 and 08. Can we remove privacy for this test case?


(OMA-POC-2004-1112)

		



		1317

		2004.12.03

		ETR 5.1.1.3 Normal [04]

		Editorial: 


Add reference AD 9.10 and CP 7.2.1.11


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1318

		2004.12.03

		ETR 5.1.1.3 Normal [05]

		Editorial: 


Add reference AD 9.10, CP 7.2.1.8 and 7.2.1.11


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1319

		2004.12.03

		ETR 5.1.1.3 Normal [06]

		Editorial: 


Add reference AD 8.17


Add reference CP 7.3.2.2


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1320

		2004.12.03

		ETR 5.1.1.3 Normal [07]

		Technical: 


What does this mean. Reference to AD incorrect.


(OMA-POC-2004-1112)

		



		1321

		2004.12.03

		ETR 5.1.1.3 Normal [08]

		Technical: 


Isn't privacy covered by 5. Remove this test case.


(OMA-POC-2004-1112)

		



		1322

		2004.12.03

		ETR 5.1.1.3 Normal [08]

		Editorial: 


Add reference CP 6.1.3.1


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1323

		2004.12.03

		ETR 5.1.1.3 Normal [09]

		Technical: 


This feature is optional in UP but mandatory in ETR. (Mandatory for Server, Optional for Client). Move to optional.


(OMA-POC-2004-1112)

		



		1327

		2004.12.03

		ETR 5.1.1.4

		Editorial: 


Remove empty line (switch on hidden characters to see better) move table caption before table.


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1328

		2004.12.03

		ETR 5.1.1.4 Normal [01]

		Technical: 


Move this test case to error flow and change it so that the PoC Client is sending an instant alert with privacy requested and move this case to error flow.


(OMA-POC-2004-1112)

		



		1329

		2004.12.03

		ETR 5.1.1.4 Normal [01]

		Editorial: 


Add reference CP 6.1.3.1


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1330

		2004.12.03

		ETR 5.1.1.5

		Editorial: 


Remove empty line (switch on hidden characters to see better) move table caption before table.


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1331

		2004.12.03

		ETR 5.1.1.5 

		Editorial: 


The use of floor --> use talk burst instead (e.g. when floor is idle --> when no one has permission to send a talk burst)


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		229 (227)

		2004.11.30

		ETR 5.1.1.5

		Editorial:


[01] “Burst” instead of “Turst”


(OMA-POC-2004-1090)

		[2004.12.01]


Valid comment.


AI: correction assigned to ETR Editor



		1347

		2004.12.03

		ETR 5.1.1.5 Error [01]

		Technical: 


This is not an error flow because the state machine covers this case.


(OMA-POC-2004-1112)

		



		1348

		2004.12.03

		ETR 5.1.1.5 Error [02]

		Editorial: 


Add reference AD 9.13, UP 6.2.5, 6.3.4 and 6.4.3


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1349

		2004.12.03

		ETR 5.1.1.5 Error [02]

		Technical: 


This is not an error flow because the state machine covers this case.


(OMA-POC-2004-1112)

		



		1350

		2004.12.03

		ETR 5.1.1.5 Error [03]

		Editorial: 


Add reference AD 9.13, UP 6.2.5, 6.3.4 and 6.4.3


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1351

		2004.12.03

		ETR 5.1.1.5 Error [03]

		Technical: 


This is not an error flow. The state machine covers the case.


(OMA-POC-2004-1112)

		



		1352

		2004.12.03

		ETR 5.1.1.5 Error [04] 

		Editorial: 


 PoC clientClient -->  PoC Client 


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1353

		2004.12.03

		ETR 5.1.1.5 Error [04]

		Editorial: 


Add reference AD 9.13, UP 6.2.5, 6.3.4 and 6.4.3


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1354

		2004.12.03

		ETR 5.1.1.5 Error [04]

		Technical: 


This is not an error flow because the state machine covers this case.


(OMA-POC-2004-1112)

		



		1332

		2004.12.03

		ETR 5.1.1.5 Normal [01]

		Editorial; 


Talk Turst taken --> Talk Burst taken


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1333

		2004.12.03

		ETR 5.1.1.5 Normal [01]

		Editorial: 


Add reference AD 9.13, UP 6.2.5, 6.3.4 and 6.4.3


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1334

		2004.12.03

		ETR 5.1.1.5 Normal [02]

		Editorial: 


Add reference AD 9.13, UP 6.2.5, 6.3.4 and 6.4.3


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1335

		2004.12.03

		ETR 5.1.1.5 Normal [03]

		Technical: 


Sending of Deny when no one is in the PoC Session is optional. Move to optional features.


(OMA-POC-2004-1112)

		



		1336

		2004.12.03

		ETR 5.1.1.5 Normal [03]

		Editorial: 


Add reference UP 6.5.4.1.3


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1337

		2004.12.03

		ETR 5.1.1.5 Normal [04]

		Editorial: 


Add reference AD 9.13, UP 6.2.5, 6.3.4 and 6.4.3


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1338

		2004.12.03

		ETR 5.1.1.5 Normal [05]

		Editorial: 


Add reference AD 9.13, UP 6.2.5, 6.3.4 and 6.4.3


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1339

		2004.12.03

		ETR 5.1.1.5 Normal [06]

		Editorial: 


Add reference AD 9.13, UP 6.2.5, 6.3.4 and 6.4.3


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1340

		2004.12.03

		ETR 5.1.1.5 Normal [07]

		Editorial: 


Add reference AD 9.13, UP 6.2.5, 6.3.4 and 6.4.3


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1341

		2004.12.03

		ETR 5.1.1.5 Normal [08]

		Editorial: 


Add reference AD 9.13, UP 6.2.5, 6.3.4 and 6.4.3


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1342

		2004.12.03

		ETR 5.1.1.5 Normal [09]

		Technical: 


Add reference AD 9.13, UP 6.2.5, 6.3.4 and 6.4.3


(OMA-POC-2004-1112)

		



		1343

		2004.12.03

		ETR 5.1.1.5 Normal [10]

		Editorial: 


Add reference AD 9.13, UP 6.2.5, 6.3.4 and 6.4.3


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1344

		2004.12.03

		ETR 5.1.1.5 Normal [11]

		Editorial: 


Add reference AD 9.13, UP 6.2.5, 6.3.4 and 6.4.3


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1345

		2004.12.03

		ETR 5.1.1.5 Normal [12]

		Editorial: 


Add reference AD 9.13, UP 6.2.5, 6.3.4 and 6.4.3


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1346

		2004.12.03

		ETR 5.1.1.5 oError [01]

		Editorial: 


Add reference AD 9.13, UP 6.2.5, 6.3.4 and 6.4.3


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1355

		2004.12.03

		ETR 5.1.2.1 

		Technical: 


In all cases where unconfirmed mode is used add that the invited PoC User(s) has Automatic Answer Mode.


(OMA-POC-2004-1112)

		



		230 (228)

		2004.11.30

		ETR 5.1.2.1

		[06] “User” instead of “client”. In manual answer mode the PoC user accepts the session invitation.


(OMA-POC-2004-1090)

		[2004.12.01]


Valid comment.


AI: correction assigned to ETR Editor



		231 (229)

		2004.11.30

		ETR 5.1.2.1

		[07] “User” instead of “client”. In manual answer mode the PoC user accepts the session invitation.


(OMA-POC-2004-1090)

		[2004.12.01]


Valid comment.


AI: correction assigned to ETR Editor



		232 (230)

		2004.11.30

		ETR 5.1.2.1

		Editorial:


[12] “Group” instead of “Proup”


(OMA-POC-2004-1090)

		[2004.12.01]


Valid comment.


AI: correction assigned to ETR Editor



		233 (231)

		2004.11.30

		ETR 5.1.2.1

		[16] Change the sentence as “Verify that Invited PoC Client is not alerting but automatic answer mode is applied when Inviting PoC User is using manual answer override feature and the Invited PoC user has authorized the Inviting PoC User to use manual answer override in session invitation”.


(OMA-POC-2004-1090)

		[2004.12.01]


Valid comment.


Some teminology correction neede.


AI: Nokia will send the correct terminology by mail and ETR editor will take it into ETR.






		1368

		2004.12.03

		ETR 5.1.2.1 Error [01]

		Technical: 


Insert a reference to where the expected behaviour is described 


(OMA-POC-2004-1112)

		



		1356

		2004.12.03

		ETR 5.1.2.1 Normal [01]

		Editorial: 


Change reference CP 6.1.4.2.1 -> CP 6.1.5.2


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1357

		2004.12.03

		ETR 5.1.2.1 Normal [02]

		Editorial: 


Change reference AD 9.2.1.1 -> AD 9.2.1.3
Change reference CP 6.1.3.1.1 -> CP 6.1.3.2


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1358

		2004.12.03

		ETR 5.1.2.1 Normal [03]

		Editorial: 


Change reference AD 9.2.1.1 -> AD 9.2.1.3
Change reference CP 6.1.3.1.1 -> CP 6.1.3.2


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1359

		2004.12.03

		ETR 5.1.2.1 Normal [04]

		Editorial: 


Add reference CP 6.1.3.2


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1360

		2004.12.03

		ETR 5.1.2.1 Normal [05]

		Editorial: 


Add reference CP 6.1.3.2


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1361

		2004.12.03

		ETR 5.1.2.1 Normal [06]

		Editorial: 


Add reference CP 6.1.3.2


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1362

		2004.12.03

		ETR 5.1.2.1 Normal [07]

		Editorial: 


Add reference CP 6.1.3.2


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1363

		2004.12.03

		ETR 5.1.2.1 Normal [08]

		Editorial: 


Add reference AD 9.2.2.3 and CP 6.1.3.2


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1364

		2004.12.03

		ETR 5.1.2.1 Normal [09]

		Editorial: 


Add reference AD 9.2.1.2 and CP 6.1.3.2


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1365

		2004.12.03

		ETR 5.1.2.1 Normal [17]

		Technical: 


Subgroup not implemented in CP. Remove test case.


(OMA-POC-2004-1112)

		



		1366

		2004.12.03

		ETR 5.1.2.1 Normal [18]

		Technical: 


Notification of the result of each invited user not implemented in the CP. Remove test case.


(OMA-POC-2004-1112)

		



		1367

		2004.12.03

		ETR 5.1.2.1 Normal [19]

		Technical: 


The acceptance notification not implemented in CP


(OMA-POC-2004-1112)

		



		1369

		2004.12.03

		ETR 5.1.2.2

		Technical: 


The case when privacy is requested in a Group Advertisement can be added as a test case in error flow


(OMA-POC-2004-1112)

		



		1370

		2004.12.03

		ETR 5.1.2.2

		Editorial: 


Remove empty line (switch on hidden characters to see better) move table caption before table.


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1371

		2004.12.03

		ETR 5.1.2.2 Normal [04]

		Technical:


This is not a PoC Session unrelated case. A PoC Session is required. Should be moved to table 6.


(OMA-POC-2004-1112)

		



		1372

		2004.12.03

		ETR 5.1.2.3

		Editorial: 


Remove empty line (switch on hidden characters to see better) move table caption before table.


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		170 (170)

		2004.11.26

		ETR 5.1.2.3

		Both AD and UP provide “timestamp” as an optional feature in TBCP Talk Burst Request. Thus, it needs to add the timestamp feature in the ETR.


(OMA-POC-2004-1069)

		[2004.11.26]


Valid comment.






		1377

		2004.12.03

		ETR 5.1.2.3 Error [01]

		Editorial: 


Add reference AD 9.13, UP-6.4.4


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1378

		2004.12.03

		ETR 5.1.2.3 Error [01]

		Technical: 


This is not an error flow because the state machine covers this case.


(OMA-POC-2004-1112)

		



		1379

		2004.12.03

		ETR 5.1.2.3 Error [02]

		Editorial: 


Add reference AD 9.13, UP-6.4.4


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1380

		2004.12.03

		ETR 5.1.2.3 Error [02]

		Technical: 


This is not an error flow because the state machine covers this case.


(OMA-POC-2004-1112)

		



		1381

		2004.12.03

		ETR 5.1.2.3 Error [03]

		Editorial: 


Add reference AD 9.13, UP-6.2.9


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1382

		2004.12.03

		ETR 5.1.2.3 Error [03]

		Technical: 


This is not an error flow because the state machine covers this case.


(OMA-POC-2004-1112)

		



		1383

		2004.12.03

		ETR 5.1.2.3 Error [04]

		Editorial: 


Add reference AD 9.13, UP-6.4.4


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1384

		2004.12.03

		ETR 5.1.2.3 Error [04]

		Technical: 


This is not an error flow. The state machine covers the case.


(OMA-POC-2004-1112)

		



		1385

		2004.12.03

		ETR 5.1.2.3 Error [05]

		Editorial: 


Add reference AD 9.13,UP-6.4.4.


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1386

		2004.12.03

		ETR 5.1.2.3 Error [05]

		Technical: 


Be more specific. What is mal function? What is the proper handling for client Mal-function? Do we need a reference to another specification?


(OMA-POC-2004-1112)

		



		1373

		2004.12.03

		ETR 5.1.2.3 Normal [01]

		Editorial: 


Replace UP 6.x.5 with OMA-PoC_UP section UP-6.4.4.1.2.e & 6.4.4.3.3


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1374

		2004.12.03

		ETR 5.1.2.3 Normal [02]

		Editorial: 


Replace UP 6.x.5 with OMA-PoC_UP section UP-6.4.4.1.2.e & 6.4.4.3.3


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1375

		2004.12.03

		ETR 5.1.2.3 Normal [03]

		Editorial: 


Add reference OMA-PoC_UP section 6.4.4.3.3.3.c-ii,iii


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1376

		2004.12.03

		ETR 5.1.2.3 Normal [04]

		Editorial: 


Add reference OMA-PoC_UP sec. 6.5.5


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		1387

		2004.12.03

		ETR 5.1.2.4

		Editorial: 


Remove empty line (switch on hidden characters to see better) move table caption before table.


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		2151

		2004.12.06

		ETR 5.1.2.4

		Technical:


Detailed instructions for test setup missing


Proposal:


Complete table the same way as previous ones.


Nokia to contribute.


(OMA-POC-2004-1134)

		



		018 (018)

		2004.11.25

		ETR 5.3

		Dependencies are written as "xx", but they can now be referenced as the list of the normative reference in 2.1 as "OMA-GM", "OMA-PR" and "OMA-DM".


(OMA-POC-2004-1060)

		[2004.11.26]


Valid comment.


This issue is expected to be solved when ID 016 is solved.


[2004.11.29]


Solution in OMA-POC-2004-1061R01 was discussed and agreed.



		1388

		2004.12.03

		ETR 5.3

		Technical: 


The Enabler Presence is optional replace shall with MAY. All other shall --> SHALL


(OMA-POC-2004-1112)

		



		1389

		2004.12.03

		ETR 5.3

		Editorial: 


Remove empty lines.


(OMA-POC-2004-1112)

		[2004.12.06]


Valid comment.


AI: correction assigned to ETR Editor



		2543

		2004.12.07

		ETR general

		Technical


Should we add test cases to check if privacy is supported.


(OMA-POC-2004-1145)

		



		2546

		2004.12.07

		ETR general

		Technical:


Initiation, joining, adding and termination policy should be taken account in the test cases.


(OMA-POC-2004-1145)

		



		1964

		2004.12.06

		ETR Table 2

		Second column NORMAL FLOW, [8] remove "sUer's"


(OMA-POC-2004-1130)

		



		1965

		2004.12.06

		ETR Table 2

		Third column NORMAL FLOW, [10],[12] PoC written twice


(OMA-POC-2004-1130)

		



		1966

		2004.12.06

		ETR Table 5

		Third column NORMAL FLOW, [1] "Burst" not Turst"


(OMA-POC-2004-1130)

		



		1967

		2004.12.06

		ETR Table 5

		Second column ERROR FLOW, [4] "client" written twice.


(OMA-POC-2004-1130)

		



		1968

		2004.12.06

		ETR Table 9

		Third column NORMAL FLOW, numbering should be letters a, b, c etc.. not numbers again.


(OMA-POC-2004-1130)

		



		2449

		2004.12.07

		General

		Editorial:


Align the titles referring to other sub-clauses of the document to use italic font and same size.


(OMA-POC-2004-1143)

		[2004.12.07]


Valid comment.


AI: correction assigned to CP Editor



		1869

		2004.12.06

		RD 3.2

		The term “Policy” is used but it is not defined whether this refers to the same term as used in PEEM. 


Proposal: Define whether this is the case. 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1870

		2004.12.06

		RD 6

		General comment, requirements not numbered


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		2152

		2004.12.06

		RD 6 General

		Editorial/Technical:


RD uses term “PoC Subscriber” for the same purpose as used term “PoC User” in stage 2 and 3.  This may be confusing from readers point of view.


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		2153

		2004.12.06

		RD 6 general

		Editorial:


Use term “Pre-arranged PoC Group” and “Chat PoC Groups” consistently (not PoC Chat Group, Chat Group, Pre-arranged Group).


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		2154

		2004.12.06

		RD 6.1

		Editorial/Technical:


Change “send” to “send and receive” in the bullet 2.


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		2155

		2004.12.06

		RD 6.1

		Editorial:


Change in the bullet 5 


“… and leave the chat PoC group.. ” 


to 


“ … and leave the Chat PoC Group Session …”


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		2156

		2004.12.06

		RD 6.1

		Technical:


Write the second sentence in the bullet 5:  “If the Chat PoC Group is restricted, then only group members SHALL be able to join.”


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		2157

		2004.12.06

		RD 6.1

		Technical:


Rewrite the bullet 6:


“The PoC Group administrator SHALL be able to pre-define a Chat and Pre-arranged PoC group.


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		2158

		2004.12.06

		RD 6.1

		Editorial:


Change in the bullet 10 “call” to “PoC Session”.


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		2159

		2004.12.06

		RD 6.1

		Editorial:


Move the second NOTE to the beginning of the clause 6 or after the bullet where “he” is used (bullet 6).


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		1871

		2004.12.06

		RD 6.1, bullet 12

		Editorial, wrong word order “The PoC host SHALL is able to..”


Proposal: “ The PoC host SHALL be able to..” 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1872

		2004.12.06

		RD 6.1, bullet 15

		Requirement not implemented in PoC specs 


Proposal: Remove the requirement, compare with 6.3.3. The requirement here is “MAY”. 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1873

		2004.12.06

		RD 6.1, bullet 2

		One-to-many-to-one is not implemented in PoC specs 


Proposal: Remove this part of the requirement 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1874

		2004.12.06

		RD 6.1, bullet 3

		If joining a group and THEN become a member is meant then this is not implemented in the PoC specs. 


Proposal: Requirement is not clear. Ericsson can volunteer to write a CR on this if other companies agree of the obscurity of the requirement. 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1875

		2004.12.06

		RD 6.1.1

		The text in the sub clause is not written in a normative way, is it intentional? Is it mandatory or optional? Since this is not clear it’s not possible to know if they are implemented correctly in the PoC specs. 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		2160

		2004.12.06

		RD 6.1.1 & 6.1.2

		Technical:


Remove these two subclauses and replace them by moving the subclause 6.1.4 before the existing 6.1.3 and changing the title to say: “PoC Sessions”


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		2175

		2004.12.06

		RD 6.1.10

		Editorial:


Change bullets to normal text.


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		1876

		2004.12.06

		RD 6.1.10, bullet 4

		Since queuing is not mandatory, compare with requirement in 6.1.5.1 and 6.2.1 bullet 11, the requirement is not correctly written. 


Proposal: To change the requirement to “If queuing is supported then it SHALL be possible to store more than one queuing request at the same time” 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1877

		2004.12.06

		RD 6.1.11, 1 paragraph

		Unclear second sentence, SHOULD NOT is confusing, is it equal to SHALL? Plus privacy function does not work in a way the administrator can reject a unidentified participant. 


Proposal: Consider wording 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1878

		2004.12.06

		RD 6.1.12

		Lawful intercept is not implemented in PoC service enabler in CP 


Proposal: Consider wording in the requirement 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1879

		2004.12.06

		RD 6.1.13

		There is no check that the invited user is a PoC Subscriber on the originating side. This means that an invited user belonging to an operator without PoC facilities can use the service as long as the device is PoC capable. 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		2176

		2004.12.06

		RD 6.1.14

		Technical:


Remove the first bullet either totally or move it under sub-title “This MAY include:”.


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		1880

		2004.12.06

		RD 6.1.15

		Support of PoC Usage in enterprise/corporate environment not implemented in PoC docs. 


Proposal: Remove the section since it is moved to PoC rel2. 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1881

		2004.12.06

		RD 6.1.2

		Not clear from the text what the requirements are for leaving and maybe rejoining. It is only stated for ad-hoc PoC groups 


Proposal: Clarification needed? 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1882

		2004.12.06

		RD 6.1.3

		Reference to Presence chapter 6.2.4 and 6.2.4.2 seems incorrect 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1883

		2004.12.06

		RD 6.1.3

		Shall it be possible to hide the identity of the inviting PoC subscriber?  The requirement says “subject to privacy rules. 


Proposal: Second sentence in first section after comma is questionable and should perhaps be removed 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1884

		2004.12.06

		RD 6.1.4.2

		In section 6.1.2 3 methods to set up 1-to-many are mentioned. Shouldn’t it be described in these subchapters? 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1885

		2004.12.06

		RD 6.1.4.2

		“maximum number of PoC participants” is mentioned many times but nothing about how many maximum number is and who sets it for the three methods. 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		2161

		2004.12.06

		RD 6.1.4.2.1

		Technical:


Remove the bullet 10, because it is duplicate to the bullet 11. 


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		2162

		2004.12.06

		RD 6.1.4.2.1

		Technical:


Add early indication as described in the subclause 6.1.1 (bullet 14).


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		1886

		2004.12.06

		RD 6.1.4.2.1, bullet 1

		Editorial, not “waits” 


Proposal: Change to wait 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1887

		2004.12.06

		RD 6.1.4.2.1, bullet 2

		Not implemented in PoC CP, the PoC server does not check if at least one group member is able to participate. 


Proposal: Remove the requirement 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1888

		2004.12.06

		RD 6.1.4.2.1, bullet 5

		Not implemented in PoC CP. 


Proposal: Remove the requirement 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1889

		2004.12.06

		RD 6.1.4.2.2, bullet 2

		Not implemented in POC CP, the PoC User is not notified of the result 


Proposal: Remove the requirement, currently there are limitations in SIP protocol on this. 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		2163

		2004.12.06

		RD 6.1.4.3

		Technical:


Clarify if auto answer is mandatory (manual is clearly optional).


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		1890

		2004.12.06

		RD 6.1.4.4

		No requirements on leaving/rejoining 


Proposal: May require a CR on this? 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		2164

		2004.12.06

		RD 6.1.4.4

		Editorial:


Add short introduction before the bullets e.g.:


“This chapter specifies requirements for joining a chat PoC group session.”


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		1891

		2004.12.06

		RD 6.1.4.4, bullet 2

		Not implemented in PoC CP, the PoC Server doesn’t check if the maximum number of participants in a chat group is exceeded 


Proposal: Remove the Requirement? 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		2165

		2004.12.06

		RD 6.1.5


And subclauses

		Editorial:


It would be comfortable from the reader point of view if “talk burst control” is used instead of “floor control”, because “talk burst control” is used in the stage 2 and 3.


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		2166

		2004.12.06

		RD 6.1.5.1

		Editorial:


Change the first bullet “To indicate that a PoC participant requests to speak.” to “To indicate to a Poc Server that a PoC participant requests to speak.”


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		2167

		2004.12.06

		RD 6.1.5.1

		Editorial:


Change the bullet 4 “To indicate to a PoC participant that he has finished speaking.” to “To indicate to a PoC Server that the participant has finished speaking.”


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		1892

		2004.12.06

		RD 6.1.5.1, bullet 2

		Speak in response to a request is not implemented in PoC CP. 


Proposal: Rewrite or remove requirement. 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1893

		2004.12.06

		RD 6.1.5.1, bullet 4

		Strange requirement, PoC CP captures speaker notifies when he has finished speaking 


Proposal: Rewrite requirement 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1894

		2004.12.06

		RD 6.1.5.1, bullet 7

		“… that THE PoC participant..”, correct? 


Proposal: Change to “…that A PoC participant..” 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1895

		2004.12.06

		RD 6.1.5.2

		Lack of clarity in first sentence 


Proposal: Change “…number of participants IS not exceeded.” To “number of participants WILL not BE exceeded.” 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1896

		2004.12.06

		RD 6.1.5.3

		Notification if somebody is put on hold is also implemented in PoC CP 


Proposal: Reflected as requirement in RD 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1897

		2004.12.06

		RD 6.1.5.3, a)

		“at this time” is unclear. 


Proposal: Either change to “at any time” or remove the sentence. 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1898

		2004.12.06

		RD 6.1.5.5

		PoC service entity, who/ what is this? Is definition correct? 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1899

		2004.12.06

		RD 6.1.5.6

		Note implemented as specified, notification sent only if one uses is added due to limitations in SIP 


Proposal: Change requirement to be optional (as in CP) and to say notification when one user is added only. 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		2168

		2004.12.06

		RD 6.1.5.6

		Technical:


Add 1-1 Session.


Nokia to contribute.


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		2169

		2004.12.06

		RD 6.1.6

		Editorial:


Change in the first sentence “depending on” to ”according to”.


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		2170

		2004.12.06

		RD 6.1.8

		Technical:


Remove the SHALL in the last bullet.


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		1900

		2004.12.06

		RD 6.1.8, first sentence

		(prepaid and post-paid subscribers) 


Proposal: To align with Charging RD change to online and offline subscribers 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1901

		2004.12.06

		RD 6.1.8.2

		Header misleading 


Proposal: Change to “..inter SERVICE provider” instead 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		2171

		2004.12.06

		RD 6.1.9

		Editorial:


Change “mange” to “manage” and “Manage” to manage”.


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		2172

		2004.12.06

		RD 6.1.9

		Editorial:


Change the second bullet in the second set to say:


“Generate and manage pre-arranged and chat PoC Group list …”


and delete the third bullet.


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		1902

		2004.12.06

		RD 6.1.9, bullet 2 and 7

		Mange 


Proposal: Change to manage 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1903

		2004.12.06

		RD 6.1.9.1

		Visible and search of PoC groups are not implemented in Group management specs. 


Proposal: Remove the requirements 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1904

		2004.12.06

		RD 6.1.9.3

		Mandatory requirement with many options, how should it be read? 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1905

		2004.12.06

		RD 6.1.9.4

		Last sentence after figure, what is meant by host. Is the host handling implemented in PoC CP, seems the understanding in PoC group is different. 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		2173

		2004.12.06

		RD 6.1.9.5

		Tech nical:


Add chat PoC group also.


Nokia to contribute.


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		2174

		2004.12.06

		RD 6.1.9.5

		Technical:


Remove the paragraph “PoC Group list combinations (Optional).  Because this can be made by using GM operations, but OMA PoC has no special support for this.


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		1906

		2004.12.06

		RD 6.1.9.5, third section

		Unclear requirement 


Proposal: Replace first sentence with "Following the creation of a contact list the PoC subscriber SHOULD be able to create a PoC group and associate the PoC group with that list. Each contact list can be associated with a single PoC group, several or all PoC groups." 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		2177

		2004.12.06

		RD 6.2.1

		Editorial:


Add short introduction before the bullets to say e.g.:


“The high level requirements for the PoC service are as below:”


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		2178

		2004.12.06

		RD 6.2.1

		Technical:


Remove the “to all the PoC group members” in the end of the bullet 4, because all groups don’t have member lists and in some cases group may advertised only some of the members.


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		2179

		2004.12.06

		RD 6.2.1

		Technical:


Remove the bullet 10 totally or move to release 2, because PoC 1.0 has no support for this feature.


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		1907

		2004.12.06

		RD 6.2.1, bullet 10

		The PoC host can not grant, reject or allow users to join the PoC group. It’s not implemented in PoC specs. 


Proposal: Remove the requirement. 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1908

		2004.12.06

		RD 6.2.1, bullet 2

		The mentioned list does not exist in GM specs. Not possible to do automatically, the list needs to be done manually. 


Proposal: Remove the requirement. 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1909

		2004.12.06

		RD 6.2.10

		The PoC host can not preset maximum speaking duration, not implemented in PoC specs. 


Proposal: Remove the requirement. 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		2182

		2004.12.06

		RD 6.2.11

		Technical:


Change the second bullet to say:


“One of the PoC Groups MAY be a primary and the rest of the groups SHALL be secondary PoC groups.”


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		2183

		2004.12.06

		RD 6.2.11.1

		Technical:


Change two “SHOULD”s to “SHALL”s in the last bullet and add in the end of the bullet “but he SHOULD receive an indication in the event that there is traffic on another PoC session” to be consistent with the next subclause. 


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		2184

		2004.12.06

		RD 6.2.11.2

		Technical:


Change the “SHALL” to “SHOULD” in the third sub-bullet of the second bullet to be consistent with the previous subclause.


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		2185

		2004.12.06

		RD 6.2.11.2

		Technical:


Change MAY to SHALL in the last bullet. Because MAY would indicate that the Server may have pre-configured setting, but it is not possible, because this is session specific and also XDM specification doesn’t support this. 


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		1910

		2004.12.06

		RD 6.2.13, bullet 3

		Sentences not clear, authorisation in manual answer mode is not implemented. 


Proposal: Remove the authorisation parts 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1911

		2004.12.06

		RD 6.2.6

		Presence does not support all PoC presence states defined here, only PoC available and PoC willing exist. 


Proposal: Align with Presence RD, 6.1.4.2. 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		2180

		2004.12.06

		RD 6.2.6

		Editorial:


Remove underlining in some of the bullets.


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		1912

		2004.12.06

		RD 6.2.6, first section

		Why refer to “appropriate Presence Service standards”? 


Proposal: Replace with OMA Presence specs. 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1913

		2004.12.06

		RD 6.2.7

		Heading correct? 


Proposal: Change to “Discard incoming..” 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		2181

		2004.12.06

		RD 6.2.7

		Editorial:


Change “discard” to “deactivate” to be consistent with the title.  


Add also reactivation.


Nokia to contribute.


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		1914

		2004.12.06

		RD 6.2.9, first paragraph

		Push to talk service enabler 


Proposal: Replace with PoC service enabler 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1915

		2004.12.06

		RD 6.2.9, last sentence

		Reference to 6.2.7 seems incorrect 


Proposal: Change to 6.2.9 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1916

		2004.12.06

		RD 6.2.9, QoE4

		Is loss plan correct and recognised wording? 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1917

		2004.12.06

		RD 6.2.9, QoE4

		Echo does not impact 


Proposal: To put it as a NOTE instead 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		2186

		2004.12.06

		RD 6.3.2

		Editorial:


Change bullets to normal text.


Remove underlining.


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		1918

		2004.12.06

		RD 6.3.2, bullet 3

		There is no interface between service providers to manage, monitor, terminate etc implemented 


Proposal: Remove requirement 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		2187

		2004.12.06

		RD 6.3.6

		Editorial.


Change bullets to normal text.


(OMA-POC-2004-1135)

		[2004.12.08] Noted.



		1919

		2004.12.06

		RD 6.3.6, bullet 3

		Limitations of PoC service for roaming PoC users is not implemented in PoC specs 


Proposal: Remove the requirement 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1223

		2004.12.01

		RD 6.4.3

		Referred section does not state providing Privacy as mandatory requirement for PoC Application Service Infrastructure. However, section 6.2.2 of same document makes it mandatory to restrict user's identity if requested by user.


(OMA-POC-2004-1108)

		[2004.12.08] Noted.



		1920

		2004.12.06

		RD 6.4.3, bullet 12

		Lawful intercept is not implemented 


Proposal: Remove bullet 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1921

		2004.12.06

		RD 6.4.4.5

		Lawful intercept is not implemented 


Proposal: Remove section 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1922

		2004.12.06

		RD 6.9.1.2

		Editorial, One PoC groups 


Proposal: Change to one PoC group 


(OMA-POC-2004-1126)

		[2004.12.08] Noted.



		1421

		2004.12.06

		UP 

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		1954

		2004.12.06

		UP

		The SSRC value that the PoC client and the Server use needs to be unique. RFC 3550 just gives an indication of a possible algorithm that might be used to generate unique SSRC values. As we are dealing with cross-domain communication a common algorithm needs to be defined to ensure uniqueness.


(OMA-POC-2004-1129)

		



		1960

		2004.12.06

		UP

		A detailed example flow showing the bodies of the SIP messages exchanged (SDP bodies) and how the IP addresses and port numbers change needs to be added. Similarly also for the RTP, RTCP.  


(OMA-POC-2004-1129)

		



		579 (565)

		2004.12.01

		UP 1

		Editorial:


Change in the first sentence “User plane” to “User Plane”.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		683

		2004.12.01

		UP 2.1

		TS24.299 should include title etc.


(OMA-POC-2004-1103)

		



		684

		2004.12.01

		UP 2.1

		OMA-POC-RD, OMA-POC-AD, OMA-POC-CP references need update


(OMA-POC-2004-1103)

		



		708

		2004.12.01

		UP 2.1

		Editorial:


Reference to OMA POC documents includes xxxx.


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		709

		2004.12.01

		UP 2.1

		Editorial: 


A non-complete reference to TS24.229


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		710

		2004.12.01

		UP 2.2

		Editorial: 


Remove empty line (swithc on hidden characters to see better)


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		711

		2004.12.01

		UP 2.2

		Editorial: 


Remove Black box around the 3GPP2 reference


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		019 (019)

		2004.11.25

		UP 3.2

		Editorial:


Align the fonts in the subclause 3.2 Definitions.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1390

		2004.12.06

		UP 3.2

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		1422

		2004.12.06

		UP 3.2

		Editorial:


Remove unused terms: e.g. Conference-factory-URI, access list, reject list


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		1423

		2004.12.06

		UP 3.2

		Editorial:


Remove empty lines


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		1687

		2004.12.06

		UP 3.2

		There’s no “access list” defined by OMA-PAG. Please change to “access policy”.


(OMA-POC-2004-1120)

		



		1688

		2004.12.06

		UP 3.2

		There is no “user accept list” and no “user reject list” defined by OMA-PAG.


(OMA-POC-2004-1120)

		



		712

		2004.12.01

		UP 3.2

		Editorial: 


Remove empty lines (swithc on hidden characters to see better)


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		713

		2004.12.01

		UP 3.2

		Editorial: 


Active PoC Session in normal font. Change to bold font


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		714

		2004.12.01

		UP 3.2

		Editorial: 


Empty rows between for instance PoC Client and PoC Group. Remove empty rows


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		716

		2004.12.01

		UP 3.2 Group

		Technical: 


The Group is used for easy PoC Session establishment --> The Group is used for efficient PoC Session establishment 


(OMA-POC-2004-1103)

		



		717

		2004.12.01

		UP 3.2 RTCP Session

		Technical: 


A RTCP Session is considered as an exchange of RTCP control information between two PoC functional entities. Remove all together since RTCP is always part of the RTP session


(OMA-POC-2004-1103)

		



		715

		2004.12.01

		UP 3.2 RTP Session

		Technical: 


A RTP Session is considered as an exchange of RTP media streams between two PoC functional entities. Change to: A RTP Session is considered as an association that allows exchange of RTP media streams and RTCP messages among a set of PoC functional entities


(OMA-POC-2004-1103)

		



		718

		2004.12.01

		UP 3.2 SigComp

		Technical: 


Text based signalling compression mechanism specified in [RFC3320]. Change to: A mechanism that provides compression of text based application protocols such as SIP


(OMA-POC-2004-1103)

		



		719

		2004.12.01

		UP 3.2 SIP User Agent

		Technical: 


…defined in [RFC3261] (the reference is not defined in this document)


(OMA-POC-2004-1103)

		



		020 (020)

		2004.11.25

		UP 3.3

		Editorial:


Remove the duplication of TB_Ack.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1391

		2004.12.06

		UP 3.3

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		1424

		2004.12.06

		UP 3.3

		Editorial:


TB_Ack shows up twice in the table


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		685

		2004.12.01

		UP 3.3

		Technical: 


RTP missing 


(OMA-POC-2004-1103)

		



		720

		2004.12.01

		UP 3.3

		Editorial: 


RTP not defined. Add RTP: Real-time Transport Protocol


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		021 (021)

		2004.11.25

		UP 4.1

		Editorial:


Use “Talk Burst” instead of “talk burst” also in this subclause.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		022 (022)

		2004.11.25

		UP 4.1

		Editorial:


Change 


“The PoC Service uses a ½ duplex type of communication and only one PoC Client can send media at the same time.” 


to say e.g. 


“The PoC Service uses a half duplex type of communication and only one PoC Client in a PoC Session can send media at the same time.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1392

		2004.12.06

		UP 4.1

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		721

		2004.12.01

		UP 4.1

		Editorial: 


Rephrase "The [OMA-POC-CP] specifies the Control Plane aspects." 


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		722

		2004.12.01

		UP 4.1

		Editorial: 


1/2 Duplex. Change to half duplex


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		723

		2004.12.01

		UP 4.1 

		Editorial: 


only one PoC Client can send media at the same time Change to: only one PoC Client can send media at the time


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		686

		2004.12.01

		UP 4.1 and all other sections

		Should talk bursy be written as Talk Burst since that is part of the definitions


(OMA-POC-2004-1103)

		



		023 (023)

		2004.11.25

		UP 4.2

		Technical:


Correct the first paragraph under figure 2 (option 1) to take account the long list after option 2:


Option 1 :


… changing only the source and destination IP addresses and ports in the IP packets.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


Contribution requested.



		724

		2004.12.01

		UP 4.2

		Editorial: 


Remove empty lines (swithc on hidden characters to see better)


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		725

		2004.12.01

		UP 4.2

		Editorial: 


Wrong font in the section after figure 2. Change font to times new roman


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1952

		2004.12.06

		UP 5.1

		Allows each domain to “pick” an IP version therefore SIP ALGs are required in the edge of the domain to ensure interconnection. A note needs to be added in order to clarify that deployment of NAT ALGs is necessary if different IP versions are deployed between the different domains or the S-CSCF needs to be dual stack.


(OMA-POC-2004-1129)

		



		1393

		2004.12.06

		UP 5.2.1

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		1394

		2004.12.06

		UP 5.4

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		1953

		2004.12.06

		UP 5.4

		Why the PoC Client SHOULD NOT send an RTCP BYE? (Please provide explanation for this in the text)


(OMA-POC-2004-1129)

		



		726

		2004.12.01

		UP 5.4

		Technical: 


According to RD is reporting of lost packets mandatory. This requirement is not possible to fulfill if RTCP is optional?


(OMA-POC-2004-1103)

		



		1425

		2004.12.06

		UP 6 General

		Technical:


In some procedures TBCP message parameter (e.g. SSRC) are listed, in most procedures they are not.


Recommendation: Include the parameters for the following messages (ones where the message definition in subclause 6.5.x is not sufficient to know the details)


Talk Burst Request – optional parameters when used.


Talk Burst Deny -  Reason code


Talk Burst Release – sequence number and Ignore bit


Talk Burst Taken –  if acknowledgement  requested 


Talk Burst Revoke – reason code and additional information


Talk Burst Request Queue Status – Priority and Queue position


Connect -  SDES items included


For all other messages and parameters in these messages, there is no need to call out any of the parameters.  The message definition is sufficient.


(OMA-POC-2004-1115)

		



		024 (024)

		2004.11.25

		UP 6.1

		Editorial:


Use “Talk Burst” instead of “talk burst” also in this subclause.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		025 (025)

		2004.11.25

		UP 6.1

		Technical:


Talk Burst Acknowledgement SHALL be supported by PoC Clients also if not supported pre-established sessions.  Therefore move the “TBCP Talk Burst Acknowledgement” immediately after “TBCP Talk Burst Revoke”. 


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: contribution assigned to Nokia



		026 (026)

		2004.11.25

		UP 6.1

		Technical:


Correct the description of TBCP Connect. It is used in originating and terminating side.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: contribution assigned to Nokia



		1395

		2004.12.06

		UP 6.1

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		687

		2004.12.01

		UP 6.1

		Talk Burst Acknowledgement bullet: all text is underlined


(OMA-POC-2004-1103)

		



		688

		2004.12.01

		UP 6.1

		A Participating PoC Server MAY support the TBCP Talk Burst Acknowledgment message


(OMA-POC-2004-1103)

		



		727

		2004.12.01

		UP 6.1

		Normative text in the Talk Burst Revoke bullet. Change to informative text


(OMA-POC-2004-1103)

		



		728

		2004.12.01

		UP 6.1

		Editorial: 


Talk Burst Queue Status Request, All other bullets do not write message, instead a "-" is used. Change message to -


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		729

		2004.12.01

		UP 6.1

		Editorial: 


Talk Burst Request Queue Position Status, All other bullets do not write message, instead a "-" is used. Change message to -


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1396

		2004.12.06

		UP 6.2.1

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		1426

		2004.12.06

		UP 6.2.1

		Technical:


Change first paragraph to include the queuing state machine:


When a PoC Session is established for a PoC Client, a new instance of the ‘PoC Session control state machine – basic’ or ‘PoC Session control state machine – queuing’ is created.


(OMA-POC-2004-1115)

		



		1689

		2004.12.06

		UP 6.2.1

		The third bullet is related to session termination, while the others are dealing with session establishment.


Isn’t this an error?


(OMA-POC-2004-1120)

		



		730

		2004.12.01

		UP 6.2.1

		Editorial: 


Check terminology e.g. Pre-established session -> Pre-established Session


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		731

		2004.12.01

		UP 6.2.1

		Technical: 


"When a PoC Session is established for a PoC Client, a new instance of the ‘PoC Session control state machine – basic’ is created." Later the text say "Based on the negotiations during PoC Session establishment either the basic or the optional queuing state machine is started". rephrase first paragraph.


(OMA-POC-2004-1103)

		



		027 (027)

		2004.11.25

		UP 6.2.2

		Editorial:


Change reference 6.2.5 to 6.2.6.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		732

		2004.12.01

		UP 6.2.2

		Editorial: 


There is one instance of this state machine for each Pre-established Session instance --> There is one instance of this state machine for each Pre-established Session. 


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		689

		2004.12.01

		UP 6.2.3.4

		Technical: 


Do we need a NOTE saying that the PoC Client shall act as specified in 6.2.5.


(OMA-POC-2004-1103)

		



		690

		2004.12.01

		UP 6.2.3.7

		Technical: 


Do we need a NOTE saying that the PoC Client shall act as specified in 6.2.5.


(OMA-POC-2004-1103)

		



		028 (028)

		2004.11.25

		UP 6.2.5

		Editorial:


Change “TB Grant” in the figure to “tb-granted”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		029 (029)

		2004.11.25

		UP 6.2.5

		Technical:


E.g. in the subclause 6.2.5.2.2 the timer T13 is started, but it is nowhere described, what happens, when it expires.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: contribution assigned to Motorola



		1690

		2004.12.06

		UP 6.2.5

		Since the UDP may be reordered, the TBCP messages may come in wrong order.


It must be specified how to deal with unexpected requests (what to do if no transition is drawn in state diagram).


Suggestion: Unexpected TBCP requests shall be ignored. For example:


[image: image1.wmf]UE
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(OMA-POC-2004-1120)

		



		1691

		2004.12.06

		UP 6.2.5

		Editorial:


Figure 3: Typo in transition from start-stop to has-permission:


PoC Session
Initialization
with “tb-granted” (not TB-Grant) in 200 OK


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		1692

		2004.12.06

		UP 6.2.5

		Editorial:


Figure 3: Typo in transition from pending-request to no-permission:


R:TB_Deny OR
R:TB_Taken (other) OR
R:Media OR (add)
Timer T11 fired N times


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		1693

		2004.12.06

		UP 6.2.5

		Editorial:


Figure 3: Typo in transition from pending-release to no-permission:


R:TB_Idle OR
R:TB_Taken OR
R:Media OR (add)
Timer T10 fired N times


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		733

		2004.12.01

		UP 6.2.5

		Editorial: 


Remove empty lines and superflous spaces (switch on hidden characters to see better)


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		734

		2004.12.01

		UP 6.2.5

		Technical: 


The Note 2 is not true. "The TB_Ack message is only sent if the PoC Server performing the Participating PoC Function wants an acknowledgement reply on the TB_Taken message, which is indicated using the subtype field." It is also sent in case of a Disconnect or Connect message. The Note 2 can be removed


(OMA-POC-2004-1103)

		



		735

		2004.12.01

		UP 6.2.5

		Technical: 


Do we need a statement making it clear that if a TBCP message is received in a state and no explaination what to do is specified the PoC Client shall ignore the TBCP message.


(OMA-POC-2004-1103)

		



		1397

		2004.12.06

		UP 6.2.5.1.1

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		1694

		2004.12.06

		UP 6.2.5.1.1

		Editorial:


In step 2 and 3 please replace


tb_granted → “tb-granted”


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		736

		2004.12.01

		UP 6.2.5.1.1

		Technical: 


tb_granted not defined. Use TB_Granted or add reference to where tb_granted can be found


(OMA-POC-2004-1103)

		



		1398

		2004.12.06

		UP 6.2.5.1.2

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		737

		2004.12.01

		UP 6.2.5.1.2

		Technical: 


6.2.5.1.2 PoC Session initiated – terminating user --> 6.2.5.1.2 PoC Session initiated – terminating PoC User


(OMA-POC-2004-1103)

		



		738

		2004.12.01

		UP 6.2.5.1.2 and 6.2.5.1.1

		Editorial: 


When a PoC Session is initiated the terminating the PoC Client: --> When a PoC Session is initiated the terminating  PoC Client:


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		691

		2004.12.01

		UP 6.2.5.2.4

		Technical: A bullet 1 b is needed to say "b. the Talk Burst Request Timestamp of the  Talk Burst Request, if the PoC Client and the PoC Server have agreed to support queuing of Talk Burst Requests and the optional Timestamp feature."


(OMA-POC-2004-1103)

		



		1695

		2004.12.06

		UP 6.2.5.3

		Please clarify that T11 is running in this state (as done in 6.4.4.x).


(OMA-POC-2004-1120)

		



		739

		2004.12.01

		UP 6.2.5.3.2

		provide TBCP Talk Burst Taken message to the PoC User. Change message to notification


(OMA-POC-2004-1103)

		



		740

		2004.12.01

		UP 6.2.5.3.2

		Technical: 


I do not understand anything? Explanation needed. Remove chapters.


(OMA-POC-2004-1103)

		



		742

		2004.12.01

		UP 6.2.5.3.4

		Technical: 


bullet 1 b shall be removed to queuing state machine.


(OMA-POC-2004-1103)

		



		741

		2004.12.01

		UP 6.2.5.3.7

		Technical: 


I do not understand anything? Explanation needed. Remove chapters.


(OMA-POC-2004-1103)

		



		1427

		2004.12.06

		UP 6.2.5.4.1

		Technical:


Step 1b should be changed from:


b. Other RTP Media packets and payload attributes as defined in RFC3550


to:


b. Other media and payload attributes as defined in RFC3550


An RTP media packet does not consist of a set of RTP media packets.


(OMA-POC-2004-1115)

		



		743

		2004.12.01

		UP 6.2.5.4.1

		Editorial: 


RFC3550 --> [RFC3550]


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		693

		2004.12.01

		UP 6.2.5.4.2

		Editorial: 


the "The PoC Client is expected to provide the sequence number in all cases where the PoC Client knows the sequence number that is being put into the RTP Media packets." needs to be rephrased, bad english.


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		744

		2004.12.01

		UP 6.2.5.4.2

		Editorial: 


if the PoC Client is not providing the correct sequence number --> if the PoC Client is not capable of providing the correct sequence number.


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1815

		2004.12.06

		UP 6.2.5.4.3

		Editorial:


In the note please replace:


“SHALL not” → “SHALL NOT”


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		1428

		2004.12.06

		UP 6.2.5.5

		Technical:


Change second paragraph from:


In this state the PoC Client is sending RTP Media packets and may receive TBCP Talk Burst Control messages.


to:


In this state the PoC Client may receive TBCP Talk Burst Control messages and RTP Media packets.


Once the PoC client sends the TB_Release, it does not send any additional RTP Media packets.


(OMA-POC-2004-1115)

		



		1696

		2004.12.06

		UP 6.2.5.5

		Please clarify that T10 is running in this state.


(OMA-POC-2004-1120)

		



		694

		2004.12.01

		UP 6.2.5.5.1

		Editorial: 


the "The PoC Client is expected to provide the sequence number in all cases where the PoC Client knows the sequence number that is being put into the RTP Media packets." needs to be rephrased, bad english.


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		745

		2004.12.01

		UP 6.2.5.5.1

		Editorial: 


if the PoC Client is not providing the correct sequence number --> if the PoC Client is not capable of providing the correct sequence number.


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		746

		2004.12.01

		UP 6.2.5.6.1

		Editorial: 


RFC3550 --> [RFC3550]


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1429

		2004.12.06

		UP 6.2.5.7.1

		Technical:


Change step 5 from:


SHALL enter the ‘Terminating’ state.


to:


SHALL enter the ‘Start-stop’ state and terminate the PoC Session control state machine.


There is no additional actions after the PF has sent the Disconnect to the PoC Client.


(OMA-POC-2004-1115)

		



		030 (030)

		2004.11.25

		UP 6.2.6

		Editorial:


Remove the gray bar in the beginning of the subclause.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		031 (031)

		2004.11.25

		UP 6.2.6

		Editorial:


Change 


“Pre-established Session has two states: Pre-established Session_Not-in-use and Pre-established Session_In_use.  The states are partly controlled on the Control Plane” 


to 


“Pre-established Session has two states: Pre-established Session_Not_in_use and Pre-established Session_In_use.  The states are partly controlled on the Control Plane”


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		032 (032)

		2004.11.25

		UP 6.2.6

		Editorial:


Change “PoC Client may have several Pre-established Sessions at a time.” To “PoC Client MAY have several Pre-established Sessions at a time.”  (Capital letters in the word MAY.)


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		033 (033)

		2004.11.25

		UP 6.2.6

		Editorial:


Change TB_Connect and TB_Disconnect in the figure to Connect and Disconnect.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		034 (034)

		2004.11.25

		UP 6.2.6

		Editorial:


Remove the sentence under the figure 4: “The initial state SHALL be the ‘U: Pre-established Session_Not_in_Use’ state”


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1399

		2004.12.06

		UP 6.2.6

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		1697

		2004.12.06

		UP 6.2.6

		Editorial:


Figure 4: Typo in transition from in-use to not-in-use:


S (not R): REFER BYE (CP) OR
[R: TB_Disconnect AND
S: TB_ACK]


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		1698

		2004.12.06

		UP 6.2.6

		Figure 4: The TB_Taken may be received prior Media. Please modify the transition from not-in-use to in-use:


[R: TB_Connect AND
S: TB_ACK] OR
R: re-INVITE OR
R: TB_Taken OR (add)
R: Media OR
S: REFER (CP)


(OMA-POC-2004-1120)

		



		1699

		2004.12.06

		UP 6.2.6

		Figure 4: If the TB_ACK has been lost, the UE has to retransmit it. Missing loopback transition in no-in-use:


[R: TB_Disconnect AND
S: TB_ACK]


(OMA-POC-2004-1120)

		



		1700

		2004.12.06

		UP 6.2.6

		Figure 4: If the TB_ACK has been lost, the UE has to retransmit it. Missing loopback transition in in-use:


[R: TB_Connect AND
S: TB_ACK]


(OMA-POC-2004-1120)

		



		1701

		2004.12.06

		UP 6.2.6

		It must be specified how to deal with unexpected requests (what to do if no transition is drawn in state diagram).


(OMA-POC-2004-1120)

		



		747

		2004.12.01

		UP 6.2.6

		Editorial: 


Remove grey frame


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		748

		2004.12.01

		UP 6.2.6

		Editorial: 


sub-clause --> subclause


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		749

		2004.12.01

		UP 6.2.6

		Editorial: 


Remove empty lines (swithc on hidden characters to see better)


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		750

		2004.12.01

		UP 6.2.6

		Technical: 


The sentence "The initial state SHALL be the ‘U: Pre-established Session_Not_in_Use’ state." is a dupplication of text in subclauses can be removed.


(OMA-POC-2004-1103)

		



		751

		2004.12.01

		UP 6.2.6

		Editorial: 


Informative: PoC Client may have several Pre-established Sessions at a time. Should it be normative: PoC Client MAY have several Pre-established Sessions at a time?


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		752

		2004.12.01

		UP 6.2.6.

		Technical: 


Do we need a statement making it clear that if a TBCP message is received in a state and no explaination what to do is specified the PoC Client shall ignore the TBCP message.


(OMA-POC-2004-1103)

		



		1702

		2004.12.06

		UP 6.2.6.2

		Missing description of received TB_Disconnect.


(OMA-POC-2004-1120)

		



		1703

		2004.12.06

		UP 6.2.6.2

		Missing description of received TB_Taken.


(OMA-POC-2004-1120)

		



		035 (035)

		2004.11.25

		UP 6.2.6.2.1

		Editorial:


Change TB_Connect to Connect


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		753

		2004.12.01

		UP 6.2.6.2.1

		Editorial: 


SHALL create an instance of the PoC Session control state machine as defined in subclause 6.2.5 “PoC Session control state diagram – basic”. Cannot queuing be used, if so reference to 6.2.9 needed


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		754

		2004.12.01

		UP 6.2.6.2.2

		Editorial: 


SHALL create an instance of the PoC Session control state machine as defined in subclause 6.2.5 “PoC Session control state diagram – basic”. Cannot queuing be used, if so reference to 6.2.9 needed


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		036 (036)

		2004.11.25

		UP 6.2.6.2.3

		Editorial:


Remove the step 2 and add a note (similar to the one in 6.2.6.3.3):


NOTE: When RTP Media packets are received the PoC Client shall act as specified in the subclause 6.2.5 “PoC Session control state diagram – basic”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		755

		2004.12.01

		UP 6.2.6.2.3

		Editorial: 


SHALL create an instance of the PoC Session control state machine as defined in subclause 6.2.5 “PoC Session control state diagram – basic”. Cannot queuing be used, if so reference to 6.2.9 needed


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		757

		2004.12.01

		UP 6.2.6.2.3

		Editorial: 


2. SHALL decode and play the RTP Media. Use render instead of decode and play as in previous sections 


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		037 (037)

		2004.11.25

		UP 6.2.6.2.4

		Editorial:


Add the CP subclause title: PoC Client initiates and Ad-hoc PoC Group and 1-1 PoC Session.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		756

		2004.12.01

		UP 6.2.6.2.4

		Editorial: 


SHALL create an instance of the PoC Session control state machine as defined in subclause 6.2.5 “PoC Session control state diagram – basic”. Cannot queuing be used, if so reference to 6.2.9 needed


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		758

		2004.12.01

		UP 6.2.6.2.4 bullet 1

		Technical: 


Shall include chapter title in the reference to CP.


(OMA-POC-2004-1103)

		



		759

		2004.12.01

		UP 6.2.6.2.5

		Editorial: 


user plane -> User Plane


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1704

		2004.12.06

		UP 6.2.6.3

		Missing description of sent “REFER (BYE)”


(OMA-POC-2004-1120)

		



		760

		2004.12.01

		UP 6.2.6.3

		Technical: 


Trigger R:REFER in figure but not in procedures. Add to procedures


(OMA-POC-2004-1103)

		



		038 (038)

		2004.11.25

		UP 6.2.6.3.1

		Editorial:


Change “TB_Connect” to “Connect”


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		761

		2004.12.01

		UP 6.2.6.3.1

		Editorial: 


Remove empty lines (swithc on hidden characters to see better)


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		762

		2004.12.01

		UP 6.2.6.3.1

		Technical: 


TB_Connect in state Pre-established session_in_use not in figure. Add in figure.


(OMA-POC-2004-1103)

		



		763

		2004.12.01

		UP 6.2.6.3.2 

		Editorial: 


SHALL create an instance of the PoC Session control state machine as defined in subclause 6.2.5 “PoC Session control state diagram – basic”. Cannot queuing be used, if so reference to 6.2.9 needed


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		695

		2004.12.01

		UP 6.2.6.3.3

		The PoC Client do nothing with RTP media


(OMA-POC-2004-1103)

		



		764

		2004.12.01

		UP 6.2.6.3.3 

		Editorial: 


SHALL create an instance of the PoC Session control state machine as defined in subclause 6.2.5 “PoC Session control state diagram – basic”. Cannot queuing be used, if so reference to 6.2.9 needed


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1705

		2004.12.06

		UP 6.2.6.3.4

		There is no such transition. Please remove this sub-clause, it’s a duplicate of 6.2.6.3.7.


(OMA-POC-2004-1120)

		



		766

		2004.12.01

		UP 6.2.6.3.4

		Technical: 


Trigger PoC Session released not in figure. Add to figure


(OMA-POC-2004-1103)

		



		765

		2004.12.01

		UP 6.2.6.3.5 

		Editorial: 


SHALL create an instance of the PoC Session control state machine as defined in subclause 6.2.5 “PoC Session control state diagram – basic”. Cannot queuing be used, if so reference to 6.2.9 needed


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		767

		2004.12.01

		UP 6.2.6.3.5

		Editorial: 


follow the procedures in subclause --> act as specified in subclause (This comment may apply to several subclauses)


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		039 (039)

		2004.11.25

		UP 6.2.6.3.7

		Editorial:


Change “TB_Disconnect” to “Disconnect” and “TBCP Talk Burst Disconnect” to “TBCP Disconnect”


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1706

		2004.12.06

		UP 6.2.7

		The UE may create more than one secondary session. The figure 5 may lead to misunderstanding the only 2 sessions are allowed.


(OMA-POC-2004-1120)

		



		1707

		2004.12.06

		UP 6.2.7

		Figure 5: The TB_Taken may be lost. Please modify transition from primary-active to secondary-active (media from secondary session may change active session or not):


M: Primary Session
Terminated OR (capitalize or) 
R: TB_Taken for secondary session OR (add)
R: Media from secondary session (add)


(OMA-POC-2004-1120)

		



		1708

		2004.12.06

		UP 6.2.7

		Figure 5: The TB_Taken may be lost. Please modify transition from secondary-active to primary-active:


M: Primary Session Established OR (capitalize or)
R: TB Taken for the primary session OR (add)
R: Media from primary session (add)


(OMA-POC-2004-1120)

		



		1709

		2004.12.06

		UP 6.2.7

		Figure 5: The session may stay active: Missing loopback transition for primary-active (media from secondary session may change active session or not): (add below)


M: Secondary Session Established OR


M: Secondary Session Terminated OR
R: TB_Taken for secondary session OR
R: Media from secondary session


(OMA-POC-2004-1120)

		



		1710

		2004.12.06

		UP 6.2.7

		Figure 5: The session may stay active: Missing loopback transition for secondary-active: (add below)


M: Secondary Session Established (another)


M: Secondary Session Terminated (another)


(OMA-POC-2004-1120)

		



		768

		2004.12.01

		UP 6.2.7

		Editorial: 


SHALL follow for each PoC Session the PoC Session specific state diagrams and state transitions specified in the subclause 6.2.5 “PoC Session control state diagram – basic”. Cannot queuing be used, if so reference to 6.2.9 needed.


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1430

		2004.12.06

		UP 6.2.7 figure 5

		Technical:


Change transition from “U: Primary Session active” -> “U: Secondary Session active” from


R: TB_Taken for secondary session


To:


R: Media for secondary session


Only when the PoC Client receives media should it do the transition.


(OMA-POC-2004-1115)

		



		040 (040)

		2004.11.25

		UP 6.2.7.1

		Editorial:


Reword or remove the sentence:


The state diagram in Figure 5 “Simultaneous PoC Sessions state diagram – per PoC User” applies when several PoC Sessions are supported simultaneously the PoC Client for a PoC User.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		769

		2004.12.01

		UP 6.2.7.1

		Technical: 


The second sentence is in the wrong place and can be moved/removed.


(OMA-POC-2004-1103)

		



		770

		2004.12.01

		UP 6.2.7.1

		Technical: 


The triggers shown in the figure do not always corresponds to the name of the procedures some triggers is missing. One example S: Session LockIn is wrong. Add triggers in parenthesis in the section header as in Section 6.2.5. The example the figure shows SDP LockIn


(OMA-POC-2004-1103)

		



		041 (041)

		2004.11.25

		UP 6.2.7.1.1

		Editorial:


Add subclause name to the reference: PoC Client setting PoC Session priority.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		042 (042)

		2004.11.25

		UP 6.2.7.1.2

		Editorial:


Add subclause name to the reference: PoC Client setting PoC Session priority.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		043 (043)

		2004.11.25

		UP 6.2.7.2

		Editorial:


Change “… PoC Primary PoC Session” to “… Primary PoC Session”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1711

		2004.12.06

		UP 6.2.7.2

		Missing description for


- secondary session established


- secondary session terminated


- RTP media received


(OMA-POC-2004-1120)

		



		771

		2004.12.01

		UP 6.2.7.2

		Technical: 


The triggers shown in the figure do not always corresponds to the name of the procedures some triggers is missing. One example S: Session LockIn is wrong. Add triggers in parenthesis in the section header as in Section 6.2.5. The example the figure shows SDP LockIn


(OMA-POC-2004-1103)

		



		044 (044)

		2004.11.25

		UP 6.2.7.2.2

		Editorial:


Add subclause name to the reference: PoC Client setting PoC Session priority.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1400

		2004.12.06

		UP 6.2.7.2.2

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		696

		2004.12.01

		UP 6.2.7.2.2

		Is bullet 2 in the correct place? 


(OMA-POC-2004-1103)

		



		045 (045)

		2004.11.25

		UP 6.2.7.2.4

		Editorial:


Write “Else” as “else” as it is written elsewhere in the state machine description.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1431

		2004.12.06

		UP 6.2.7.2.4

		Technical:


Change this section to be consistent with the figure 5 change.  The old section was:


6.2.7.2.4 Receive TBCP Talk Burst Taken (R: TB_Taken)


On receipt of a TBCP TB Taken message for a Secondary PoC Session, if the criteria defined in the subclause 7.5.1 “Procedures at the PoC Client” for switching to this PoC Session are fulfilled, then the PoC Client:


SHALL enter the ‘U: Secondary Session Active’ state.


Else the PoC Client:


SHALL remain in the ‘U: Primary Session Active’ state.


The section should be:


6.2.7.2.4 Receive RTP Media packet for Secondary PoC Session (R: Media for Secondary Session)


On receipt of an RTP media packet for a Secondary PoC Session, the PoC Client:


SHALL enter the ‘U: Secondary Session Active’ state.


(OMA-POC-2004-1115)

		



		1712

		2004.12.06

		UP 6.2.7.2.4

		Please insert a second bullet into first paragraph: (add below)


2. SHALL send or receive RTP media and TBCP messages for this session.


(OMA-POC-2004-1120)

		



		774

		2004.12.01

		UP 6.2.7.2.4

		Technical: 


A) Both bullets have number 1. This must be changed. B) The case when the PoC Client stays in the state is not drawn in the figure


(OMA-POC-2004-1103)

		



		1714

		2004.12.06

		UP 6.2.7.3

		Missing description for


- another secondary session established


- another secondary session terminated


- RTP media received


(OMA-POC-2004-1120)

		



		772

		2004.12.01

		UP 6.2.7.3

		Technical: 


The triggers shown in the figure do not always corresponds to the name of the procedures some triggers is missing. One example S: Session LockIn is wrong. Add triggers in parenthesis in the section header as in Section 6.2.5. The example the figure shows SDP LockIn


(OMA-POC-2004-1103)

		



		046 (046)

		2004.11.25

		UP 6.2.7.3.2

		Editorial:


Write “Lockin” as LockIn” in the title as made elsewhere.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		697

		2004.12.01

		UP 6.2.7.3.2

		Is bullet 2 in the correct place?


(OMA-POC-2004-1103)

		



		775

		2004.12.01

		UP 6.2.7.3.3

		Technical: 


This trigger is not present in the figure. Add trigger to figure


(OMA-POC-2004-1103)

		



		1713

		2004.12.06

		UP 6.2.7.3.4

		Please insert a second bullet into first paragraph: (add below)


2. SHALL send or receive RTP media and TBCP messages for this session.


(OMA-POC-2004-1120)

		



		776

		2004.12.01

		UP 6.2.7.3.4

		Technical: 


A) Both bullets have number 1. This must be changed. B) The case when the PoC Client stays in the state is not drawn in the figure


(OMA-POC-2004-1103)

		



		773

		2004.12.01

		UP 6.2.7.4

		Technical: 


The triggers shown in the figure do not always corresponds to the name of the procedures some triggers is missing. One example S: Session LockIn is wrong. Add triggers in parenthesis in the section header as in Section 6.2.5. The example the figure shows SDP LockIn


(OMA-POC-2004-1103)

		



		777

		2004.12.01

		UP 6.2.7.4

		Technical: 


Procedures do not follow triggers in the figure. Change figure or procedures


(OMA-POC-2004-1103)

		



		047 (047)

		2004.11.25

		UP 6.2.7.4.1

		Technical:


Clarify the step 3 “… and fulfills conditions to be activated …”.  Which conditions ?


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: contribution assigned to Motorola



		1715

		2004.12.06

		UP 6.2.7.4.1

		Editorial:


 The (2) should rather be a separate paragraph, since it’s equivalent to the first paragraph.


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		698

		2004.12.01

		UP 6.2.7.4.1

		Shall RTP media sending/receiving be part of the trigger description or have its own subsection in the state description?


(OMA-POC-2004-1103)

		



		049 (049)

		2004.11.25

		UP 6.2.7.4.2

		Editorial:


Add subclause name to the reference: PoC Client setting PoC Session priority.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		699

		2004.12.01

		UP 6.2.7.4.2

		Shall RTP media sending/receiving be part of the trigger description or have its own subsection in the state description?


(OMA-POC-2004-1103)

		



		778

		2004.12.01

		UP 6.2.7.4.2

		Editorial: 


The if / else statement could be rephrased to follow the either / or syntax which would be much clearer (Applies to several subclauses)


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		048 (048)

		2004.11.25

		UP 6.2.7.4.3

		Editorial:


Reword the first sentence: 


“When the PoC Client sends a TBCP Talk Burst Request message Client over the Primary PoC Session to the PoC Server, the PoC Client:” 


to say e.g.


“When the PoC Client sends a TBCP Talk Burst Request message over the Primary PoC Session to the PoC Server, the PoC Client:”


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		050 (050)

		2004.11.25

		UP 6.2.8

		Editorial:


Change the texts in the figure to align the steps under the figure:


Initial PoC Session establishment -> First PoC Session established


PoC Session established -> Another PoC Session established.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1716

		2004.12.06

		UP 6.2.8

		Figure 6: Transition from active to start-stop has no description


(OMA-POC-2004-1120)

		



		1717

		2004.12.06

		UP 6.2.8

		It must be specified how to deal with unexpected requests (what to do if no transition is drawn in state diagram).


(OMA-POC-2004-1120)

		



		1718

		2004.12.06

		UP 6.2.8

		Editorial:


Figure 6: Typo in loopback transition in active:


S/R: Media OR (add)
S/R: TBCP


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		1719

		2004.12.06

		UP 6.2.8

		Editorial:


Figure 6: Please rephrase transition from start-stop to active:


First (not Initial) PoC Session established


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		1720

		2004.12.06

		UP 6.2.8

		Editorial:


Figure 6: Please rephrase transition from start-stop to dormant:


Next (add) PoC Session established


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		1721

		2004.12.06

		UP 6.2.8

		Figure 6: Please rephrase transition from active to dormant:


S: SDP LockIn (another) OR (add)
S: SDP UnLock (this) OR (add)
M: PR Session Established OR (add)
S: Set PR Session OR (add)
R: TB Taken OR (add)
R: Media (another) (add)


(OMA-POC-2004-1120)

		



		1722

		2004.12.06

		UP 6.2.8

		Figure 6: Missing loopback transition for active state: (add below)


S: SDP UnLock OR
R: Taken OR


R: Media (this)
M: Set PR Session


(OMA-POC-2004-1120)

		



		1723

		2004.12.06

		UP 6.2.8

		Figure 6: Please rephrase transition from dormant to active:


S: SDP LockIn (this) OR (add)
S: Set PR Session OR(add)
S: SDP UnLock (another) OR (capitalize or)
M: PR PoC Session terminated OR (add)
M: SC PoC Session terminated OR (add)
S: TB Request OR (add)
R: TB Taken OR (add)
R: Media (this) (add)


(OMA-POC-2004-1120)

		



		1724

		2004.12.06

		UP 6.2.8

		Figure 6: Missing loopback transition for dormant state: (add below)


S: SDP UnLock (another) OR
M: Set PR Session OR
R: Taken OR
R: Media (another)


(OMA-POC-2004-1120)

		



		780

		2004.12.01

		UP 6.2.8

		Editorial: 


Remove empty lines (switch on hidden characters to see better)


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		781

		2004.12.01

		UP 6.2.8

		Editorial: 


SHALL follow for each PoC Session the PoC Session specific state diagrams and state transitions specified in the subclause 6.2.5 “PoC Session control state diagram – basic”. A reference to 6.2.9 also needed.


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		782

		2004.12.01

		UP 6.2.8 

		Technical: 


State transition between active and start-stop without trigger in the figure. Add trigger or remove transition


(OMA-POC-2004-1103)

		



		783

		2004.12.01

		UP 6.2.8  subsections

		Technical: 


The triggers shown in the figure do not always corresponds to the name of the procedures some triggers is missing. One example S: Session LockIn is wrong. Add triggers in parenthesis in the section header as in Section 6.2.5. The example the figure shows SDP LockIn


(OMA-POC-2004-1103)

		



		784

		2004.12.01

		UP 6.2.8.1

		Technical: 


Shouldn't the second sentence be part of 6.2.8 or removed


(OMA-POC-2004-1103)

		



		1401

		2004.12.06

		UP 6.2.8.1.1

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		1433

		2004.12.06

		UP 6.2.8.1.1

		Technical:


Change first sentence to remove the word active.  Old:


When a PoC Session is established as specified in [OMA-POC-CP] “PoC Client procedures at PoC Session initialization” and in case there is no active PoC Session for the same PoC User the PoC Client


New:


When a PoC Session is established as specified in [OMA-POC-CP] “PoC Client procedures at PoC Session initialization” and in case there is no PoC Session for the same PoC User the PoC Client


(OMA-POC-2004-1115)

		



		051 (051)

		2004.11.25

		UP 6.2.8.2

		Editorial:


Change the second paragraph :


In this state the PoC Client is monitoring TBCP messages and SIP requests with associated SDP information and is reacting on PoC Session events, as specified in the following subclauses.


To say:


In this state the PoC Client is receiving and sending RTP Media and TBCP messages of this PoC Session and monitoring TBCP messages and SIP requests with associated SDP information of other PoC Sessions and is reacting on PoC Session events, as specified in the following subclauses.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1725

		2004.12.06

		UP 6.2.8.2

		Missing description how to reach start-stop state?


(OMA-POC-2004-1120)

		



		785

		2004.12.01

		UP 6.2.8.2.1

		Editorial: 


specified in the subclause 6.2.5 “PoC Session control state diagram – basic” reference to 6.2.9 needed


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		786

		2004.12.01

		UP 6.2.8.2.2

		Editorial: 


specified in the subclause 6.2.5 “PoC Session control state diagram – basic” reference to 6.2.9 needed


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1402

		2004.12.06

		UP 6.2.8.2.4

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		1726

		2004.12.06

		UP 6.2.8.2.4

		Editorial:


Please clarify which session is being unlocked:


...that this (not the) PoC Session is to be UnLocked


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		1727

		2004.12.06

		UP 6.2.8.2.4

		Editorial:


Wrong reference


7.5.1 (not 2)  “Procedures at the PoC Client”


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		052 (052)

		2004.11.25

		UP 6.2.8.2.5

		Editorial:


Change style in the first bullet “PoC” to Italic.


Change style in the second bullet “specified” in Italic to non-Italic.


Change style in the third bullet “Client” in Italic to non-Italic.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		053 (053)

		2004.11.25

		UP 6.2.8.2.6

		Technical:


Add after the first bullet:


2. SHALL execute procedures described in 6.2.5.2.2 Receive TBCP Talk Burst Taken message (R: TB_Taken) except:


SHALL NOT start the timer T13 (end of RTP Media).


Add after the second bullet:


3: SHALL execute procedures described in 6.2.5.2.2 Receive TBCP Talk Burst Taken message (R: TB_Taken)


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: contribution assigned to Motorola



		1728

		2004.12.06

		UP 6.2.8.2.6

		If the TB_Taken is lost, also RTP media may be received.


Description is missing.


(OMA-POC-2004-1120)

		



		054 (054)

		2004.11.25

		UP 6.2.8.3.1

		Technical:


Add into the first bullet :  … except SHALL NOT start the timer T13 (end of RTP Media)


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: contribution assigned to Motorola



		787

		2004.12.01

		UP 6.2.8.3.1

		Editorial: 


A) What is the exception that triggers the use of SHOULD. B) Cannot queuing be used, if so reference to 6.2.9 needed


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		055 (055)

		2004.11.25

		UP 6.2.8.3.2

		Editorial:


Change the reference in the first bullet to PoC Client handling PoC Session locking


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		056 (056)

		2004.11.25

		UP 6.2.8.3.3

		Editorial:


Change the reference in the first bullet to PoC Client setting PoC Session priority.


Change in the third bullet 


“enter the ‘S: Dormant’ state … 


to


“remain in the ‘S: Dormant’ state


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1730

		2004.12.06

		UP 6.2.8.3.3

		The PoC client is in dormant state. Please rephrase:


SHALL remain in (not enter) the ‘S: Dormant’ state


(OMA-POC-2004-1120)

		



		788

		2004.12.01

		UP 6.2.8.3.3

		Technical: 


3. SHALL enter the ‘S: Dormant’ state if any other PoC Session is in the state “LockIn”. Transition not present in figure, add state transition and change text to say remain in S: Dormant state.


(OMA-POC-2004-1103)

		



		057 (057)

		2004.11.25

		UP 6.2.8.3.4

		Editorial:


Change the reference in the first bullet to PoC Client handling PoC Session locking.


Change in the bullet a. “stay” to “remain in”


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1731

		2004.12.06

		UP 6.2.8.3.4

		Locked session cannot be dormant. This transition makes is wrong.


Please modify:


On send of an indication that another (not this) PoC Session...


...for switching to this (not another) PoC Session...


(OMA-POC-2004-1120)

		



		779

		2004.12.01

		UP 6.2.8.3.4

		Editorial: 


The if / else statement could be rephrased to follow the either / or syntax which would be much clearer (Applies to several subclauses)


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		789

		2004.12.01

		UP 6.2.8.3.4

		Editorial: 


a. SHALL stay the ‘S: Dormant’ state. Change to: SHALL remain in the ...


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		790

		2004.12.01

		UP 6.2.8.3.4

		Editorial: 


Bullets are named a. and b. Change to: 1. and 2.


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		058 (058)

		2004.11.25

		UP 6.2.8.3.6

		Editorial:


Change “Secondary Session” to “Secondary PoC Session”


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		059 (059)

		2004.11.25

		UP 6.2.8.3.7

		Technical:


PoC Client should enter the Active state when received TB_Granted, not when sending the TB_Request.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


How to solve this issue pending.



		791

		2004.12.01

		UP 6.2.8.3.7

		Editorial: 


On send of a TBCP Talk Burst…Change to: When sending a TBCP Talk Burst..


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		060 (060)

		2004.11.25

		UP 6.2.8.3.8

		Technical:


Add after the first bullet:


2: SHALL execute procedures described in 6.2.5.2.2 Receive TBCP Talk Burst Taken message (R: TB_Taken)


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: contribution assigned to Motorola



		061 (061)

		2004.11.25

		UP 6.2.8.3.8

		Technical:


Add after the existing second bullet:


2. SHALL execute procedures described in 6.2.5.2.2 Receive TBCP Talk Burst Taken message (R: TB_Taken) except:


SHALL NOT start the timer T13 (end of RTP Media).


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: contribution assigned to Motorola



		1729

		2004.12.06

		UP 6.2.8.3.8

		If the TB_Taken is lost, also RTP media may be received.


Description is missing.


(OMA-POC-2004-1120)

		



		1434

		2004.12.06

		UP 6.2.9

		Technical:


Remove note 2 to be consistent with other sections.  Old:


NOTE 1:
T10 is the Talk Burst Release timer and T11 is the Talk Burst Request timer.


NOTE 2:
The PoC Client or User (U) states are either stable states (‘U: has no permission’ , ‘U: has permission’, ‘U: queued’) or transition states (‘U: pending TB _Request’, ‘U: pending TB_Release’, ‘U: pending TB_Revoke’).


New:


NOTE:
T10 is the Talk Burst Release timer and T11 is the Talk Burst Request timer.


(OMA-POC-2004-1115)

		



		1732

		2004.12.06

		UP 6.2.9

		Editorial:


Figure 7: Please modify the transition from pending-request to queued:


R:TB_Queued_Status (add)


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		1733

		2004.12.06

		UP 6.2.9

		Editorial:


Figure 7: Typo in transition from pending-release to no-permission:


R:TB_Idle OR
R:TB_Taken OR
R:Media OR (add)
Timer T10 fired N times


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		1734

		2004.12.06

		UP 6.2.9

		Figure 7: Please modify the transition from pending-request/queued to has-permissions (to align this with 6.2.5.3.7):


R:TB_Granted OR (add)
R: TB_Taken (this) (add)


(OMA-POC-2004-1120)

		



		1735

		2004.12.06

		UP 6.2.9

		Figure 7: Missing transition from start-stop to has-permission: (add below)


PoC Session Initialization with “tb-granted” in 200 OK


(OMA-POC-2004-1120)

		



		792

		2004.12.01

		UP 6.2.9

		Technical: 


Why is queuing a separate state machine. It could be built in the basic state machine?


(OMA-POC-2004-1103)

		



		793

		2004.12.01

		UP 6.2.9

		Editorial: 


Remove empty lines (switch on hidden characters to see better)


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		794

		2004.12.01

		UP 6.2.9

		Editorial: 


The Note 2 to figure 2 is not necessary can be removed.


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		795

		2004.12.01

		UP 6.2.9

		Technical: 


Do we need a statement making it clear that if a TBCP message is received in a state and no explanation what to do is specified the PoC Client shall ignore the TBCP message.


(OMA-POC-2004-1103)

		



		062 (062)

		2004.11.25

		UP 6.2.9.1

		Editorial:


Add a short description of the start stop state e.g.:


In this state no PoC Session exists.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		063 (063)

		2004.11.25

		UP 6.2.9.2

		Editorial:


Add clarification:


", but instead of subclause 6.2.5.2.4 do 6.2.9.2.1." (replace "." at the end of the existing sentence by ",")


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		064 (064)

		2004.11.25

		UP 6.2.9.2.1

		Editorial:


Change “or” to “else”


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		692

		2004.12.01

		UP 6.2.9.2.1

		Technical: A bullet 1 b is needed to say "b. the Talk Burst Request Timestamp of the  Talk Burst Request, if the PoC Client and the PoC Server have agreed to support queuing of Talk Burst Requests and the optional Timestamp feature."


(OMA-POC-2004-1103)

		



		1736

		2004.12.06

		UP 6.2.9.3

		Please clarify that T11 is running in this state (as done in 6.4.4.x).


(OMA-POC-2004-1120)

		



		1738

		2004.12.06

		UP 6.2.9.3

		The TB_Taken (this) may be received in this state. (see 6.2.5.3.7)


(OMA-POC-2004-1120)

		



		1739

		2004.12.06

		UP 6.2.9.3.7

		Please remove the word “request”, this is a response:


Modify the title:


Receive TBCP Talk Burst (remove Request) Queue Status message (R: TB_Queued Status (add))


(OMA-POC-2004-1120)

		



		1740

		2004.12.06

		UP 6.2.9.3.7

		Additionally, the timer T11 shall be stopped here (please add bullet 1x).


(OMA-POC-2004-1120)

		



		1737

		2004.12.06

		UP 6.2.9.7

		Please clarify that T11 is running in this state (as done in 6.4.4.x).


(OMA-POC-2004-1120)

		



		065 (065)

		2004.11.25

		UP 6.3.1

		Editorial:


Change in the second paragraph “Pre-Established” to “Pre-established”


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1403

		2004.12.06

		UP 6.3.2

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		796

		2004.12.01

		UP 6.3.2

		Editorial: 


There are 2 types of PoC Sessions --> There are two types of PoC Sessions 


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		066 (066)

		2004.11.25

		UP 6.3.3

		Editorial:


Change the sentence:


“If the PoC Session uses over a Pre-established Session, the PoC Pre-established Session state machine returns to the ‘G: Pre-established session_Idle’ state, as specified in subclause 6.3.4 “Pre-established Session state diagrams – basic.”. “


To


"If the PoC Session uses a Pre-established Session, the PoC Pre-established Session state machine returns to the ‘G: Pre-established session_Not_in_use’ state, as specified in subclause 6.3.5 “Pre-established Session state diagrams – basic.”"


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1404

		2004.12.06

		UP 6.3.3

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		1435

		2004.12.06

		UP 6.3.3

		Technical:


Change “per PoC User” to “per PoC Session” in bullet 1.


(OMA-POC-2004-1115)

		



		797

		2004.12.01

		UP 6.3.3

		Editorial: 


control plane -- change to Control Plane


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		798

		2004.12.01

		UP 6.3.3

		Editorial: 


 “Pre-established Session state diagrams – basic.” should be in italic


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1741

		2004.12.06

		UP 6.3.4

		The second paragraph (and bullet list) is related to termination, so it could be moved to 6.3.3.


(OMA-POC-2004-1120)

		



		700

		2004.12.01

		UP 6.3.4

		What about RTCP?


(OMA-POC-2004-1103)

		



		799

		2004.12.01

		UP 6.3.4

		Technical: 


References to CP should be completed with title of specific subclauses


(OMA-POC-2004-1103)

		



		067 (067)

		2004.11.25

		UP 6.3.5

		Editorial:


Change the second paragraph to normal text (font).


Change the “Pre-established_Session_Idle 


to “Pre-established_Session_Not_in_use”


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		068 (068)

		2004.11.25

		UP 6.3.5

		Editorial:


Change in the figure “TB_Connect” to “Connect” and “TB_Disconnect” to “Disconnect”


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		069 (069)

		2004.11.25

		UP 6.3.5

		Editorial:


Change in the NOTE “Connect” to “TBCP Connect” and “Disconnect” to “TBCP Disconnect”


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1405

		2004.12.06

		UP 6.3.5

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		1742

		2004.12.06

		UP 6.3.5

		Editorial:


Figure 8: Typo in transition from in-use to not-in-use:


R: PoC Session release from PoC Client OR (add)
[T15 fired n times AND
S: PoC Session Release] (in [ ])


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		1743

		2004.12.06

		UP 6.3.5

		Editorial:


Figure 8: Typo in loopback transition for in-use:


R: TB_Acknowledgement OR (add)
R/S: TBCP message OR (add)
R/S: Media OR (add)
[Timer T15 fired AND S: TB_Connect] (in [ ])


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		1744

		2004.12.06

		UP 6.3.5

		The TB_Bye is misleading. It could lead to misinterpretation that RTCP BYE is sent. Proposed to modify transition from in-use to terminating:


R: PoC Session release from PoC Server AND
S: TB_Disconnect (not Bye)


(OMA-POC-2004-1120)

		



		1745

		2004.12.06

		UP 6.3.5

		The transition from initializing to in-use should be modified (to be inline with in-use state):


R: TB_Acknowledgement (not R: TBCP message from PoC Client)


(OMA-POC-2004-1120)

		



		701

		2004.12.01

		UP 6.3.5

		Second paragraph is centered


(OMA-POC-2004-1103)

		



		800

		2004.12.01

		UP 6.3.5

		Editorial: 


Remove empty lines (switch on hidden characters to see better)


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		801

		2004.12.01

		UP 6.3.5

		Editorial: 


The second paragraph can be removed but should at least be reformatted. Is it a NOTE?


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		802

		2004.12.01

		UP 6.3.5

		Technical: 


Do we need a statement making it clear that if a TBCP message is received in a state and no explanation what to do is specified the PoC Client shall ignore the TBCP message.


(OMA-POC-2004-1103)

		



		070 (070)

		2004.11.25

		UP 6.3.5.2

		Editorial:


Change two times “Pre-established_Not_in_use” to “Pre-established_Session_Not_in_use”


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		071 (071)

		2004.11.25

		UP 6.3.5.2.1

		Editorial:


Change “Pre-established_Not_in_use” to “Pre-established_Session_Not_in_use”


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		072 (072)

		2004.11.25

		UP 6.3.5.2.2

		Editorial:


Also the step 2 should be valid only, if Automatic Answer Mode is used.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1746

		2004.12.06

		UP 6.3.5.2.2

		The bullet (1) describes automatic answer. 


How to reach the pre-established session in use state for manual answer using pre-established session?


There is a re-invite sent instead of TBCP_Connect and therefore also no TBCP_acknowledgment received.


(OMA-POC-2004-1120)

		



		1747

		2004.12.06

		UP 6.3.5.2.2

		Bullet three shall enter the “G: PoC Session Initializing” state


(OMA-POC-2004-1120)

		



		803

		2004.12.01

		UP 6.3.5.2.2

		Technical: 


Text say: 3. SHALL enter the ‘G: Pre-established_In_use’ state., In the Figure this transaction enters the PoC Session Initializing


(OMA-POC-2004-1103)

		



		1750

		2004.12.06

		UP 6.3.5.3

		A small note what happens after T14 expires would be useful.


(OMA-POC-2004-1120)

		



		804

		2004.12.01

		UP 6.3.5.3

		Technical: 


State transition to and from this state talk about R/S TBCP messages and media but the procedures only describe receive media. Add Send media to procedures or remove S from figure


(OMA-POC-2004-1103)

		



		805

		2004.12.01

		UP 6.3.5.3

		Technical: 


Figure show TB_Bye as trigger from this state, the procedures talk about sending a TBCP Disconnect


(OMA-POC-2004-1103)

		



		073 (073)

		2004.11.25

		UP 6.3.5.3.1

		Editorial:


Correct the bullet numbering.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1816

		2004.12.06

		UP 6.3.5.3.1

		Editorial:


Wrong bullet numbering.


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		806

		2004.12.01

		UP 6.3.5.3.1

		Editorial: 


Bullet list starts at 3 and then go 1


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		074 (074)

		2004.11.25

		UP 6.3.5.3.2

		Editorial:


Correct the bullet numbering.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1817

		2004.12.06

		UP 6.3.5.3.2

		Editorial:


Wrong bullet numbering.


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		807

		2004.12.01

		UP 6.3.5.3.2

		Editorial: 


Bullet list starts at 2 and then go 3


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1751

		2004.12.06

		UP 6.3.5.3.3

		Add a new bullet: (add below)


SHALL send PoC Session release to the Controlling PoC Function as specified in [OMA-POC-CP],


(OMA-POC-2004-1120)

		



		075 (075)

		2004.11.25

		UP 6.3.5.3.5

		Technical:


Add a bullet between existing 1 and 2:


SHALL stop timers T15 (Conenct message re-transmit) and T16 (Disconnect message re-transmit) if running


(OMA-POC-2004-1068)

		[2004.11.29]


Valid comment.


It was also felt the general needs for stating stop/start timers every applicable point.


AI: contribution assigned to Motorola.



		808

		2004.12.01

		UP 6.3.5.3.5

		Editorial: 


";" missing in first bullet.


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		076 (076)

		2004.11.25

		UP 6.3.5.3.8

		Editorial:


Change “user plane” to “User Plane”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1752

		2004.12.06

		UP 6.3.5.3.8

		Rephrase the first bullet to highlight where the message is sent:


SHALL send a PoC Session release to the Controlling PoC Function (add) as specified in [OMA-POC-CP]:


(OMA-POC-2004-1120)

		



		1748

		2004.12.06

		UP 6.3.5.3.x

		Missing description of “R: TB_Release” transition: (add below)


SHALL forward the TB_Release
SHALL start the T14 timer
SHALL remain in the ...


(OMA-POC-2004-1120)

		



		1749

		2004.12.06

		UP 6.3.5.3.x

		Missing description of “R: TB_Idle” transition: (add below)


SHALL forward the TB_Idle
SHALL start the T14 timer
SHALL remain in the ...


(OMA-POC-2004-1120)

		



		1754

		2004.12.06

		UP 6.3.5.4.1

		Should be removed because only TBCP_ack changes state from Initializing to In Use


(OMA-POC-2004-1120)

		



		077 (077)

		2004.11.25

		UP 6.3.5.4.2

		Editorial:


Add space after the work “Function”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		809

		2004.12.01

		UP 6.3.5.4.4

		Technical: 


State transition not present in figure


(OMA-POC-2004-1103)

		



		1753

		2004.12.06

		UP 6.3.5.4.6

		Rephrase the first bullet to highlight where the message is sent:


SHALL send a PoC Session release to the Controlling PoC Function (add) as specified in [OMA-POC-CP]:


(OMA-POC-2004-1120)

		



		810

		2004.12.01

		UP 6.3.5.4.6

		Editorial: 


Small letter n used in figure capitol letter N in text


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		078 (078)

		2004.11.25

		UP 6.3.5.5

		Editorial:


Change T15 (Connect message re-transmit) to T16 (Disconnect message re-transmit)


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		079 (079)

		2004.11.25

		UP 6.3.5.5.1

		Editorial:


Change T15 (Connect message re-transmit) to T16 (Disconnect message re-transmit)


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		080 (080)

		2004.11.25

		UP 6.3.5.5.1

		Technical:


Add bullet :


SHALL stop T15 (Connect message re-transmit), if running


(OMA-POC-2004-1068)

		[2004.11.29]


This comment is NOT for the error timer T16 as stated in [079] but missing T15, which means both T15 and T16 are running.


Valid comment.


AI: correction assigned to UP Editor



		081 (081)

		2004.11.25

		UP 6.3.5.5.1

		Editorial:


Change “user plane” to “User Plane”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		082 (082)

		2004.11.25

		UP 6.3.5.5.2

		Editorial:


Change T15 (Talk Burst Disconnect message re-transmit) to T16 (Disconnect message re-transmit)


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		083 (083)

		2004.11.25

		UP 6.3.5.5.3

		Editorial:


Change “n :th” to “N :th”.


Change “user plane” to “User Plane”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		811

		2004.12.01

		UP 6.3.5.5.3

		Editorial: 


Small letter n used in figure capitol letter N in text


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		084 (084)

		2004.11.25

		UP 6.3.6

		Editorial:


Change in the figure 9 “Primary Session active” to “Primary PoC Session active” and  “Secondary Session Active” to “Secondary PoC Session active”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1436

		2004.12.06

		UP 6.3.6

		Technical:


Change all occurrences of “PoC User” to “PoC Client” in section 6.3.6.  This does not refer to the human PoC User, but a piece of HW/SW that is the PoC Client.  A PoC User could have multiple PoC Clients, but Simultaneous Session applies to one PoC Client.


(OMA-POC-2004-1115)

		



		1437

		2004.12.06

		UP 6.3.6


Figure 9

		Add missing triggers for transitions between Primary active and Secondary active


(OMA-POC-2004-1115)

		



		1755

		2004.12.06

		UP 6.3.6

		The UE may create more than one secondary session. The figure 9 may lead to misunderstanding the only 2 sessions are allowed.


(OMA-POC-2004-1120)

		



		1756

		2004.12.06

		UP 6.3.6

		Figure 9: The server may remain in “U: Secondary Session Active” please add a loopback transition for secondary-active: (add below)


M: Secondary Session Established
M: Secondary Session Terminated


(OMA-POC-2004-1120)

		



		1757

		2004.12.06

		UP 6.3.6

		Figure 9: The server may remain in “U: Primary Session Active” please add a loopback transition for primary-active: (add below)


M: Secondary Session Established
M: Secondary Session Terminated


(OMA-POC-2004-1120)

		



		812

		2004.12.01

		UP 6.3.6

		Editorial: 


Remove empty lines (switch on hidden characters to see better)


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		702

		2004.12.01

		UP 6.3.6  subsections

		Shall RTP media sending/receiving be part of the trigger description or have its own subsection in the state description?


(OMA-POC-2004-1103)

		



		813

		2004.12.01

		UP 6.3.6  subsections

		Technical: 


The triggers shown in the figure do not always corresponds to the name of the procedures some triggers is missing. One example S: Session LockIn is wrong. Add triggers in parenthesis in the section header as in Section 6.2.5. The example the figure shows SDP LockIn


(OMA-POC-2004-1103)

		



		1406

		2004.12.06

		UP 6.3.6 all subclauses

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		085 (085)

		2004.11.25

		UP 6.3.6 and all subclauses

		Editorial:


Change “Controlling Function” to “Controlling PoC Function”


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		086 (086)

		2004.11.25

		UP 6.3.6 and all subclauses

		Editorial:


In all other state machines we say “… enter the xx state …”, but here is said “… set the PoC User state to …”.  Should be aligned. 


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		087 (087)

		2004.11.25

		UP 6.3.6.1

		Editorial:


Change “U: No Session” to “Start-stop”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1758

		2004.12.06

		UP 6.3.6.1

		Editorial:


Please rephrase:


The state “Start-stop” (not “U: No Session”) is a stable


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		814

		2004.12.01

		UP 6.3.6.1

		Technical: 


Second paragraph should be in 6.3.6 or removed


(OMA-POC-2004-1103)

		



		088 (088)

		2004.11.25

		UP 6.3.6.2

		Editorial:


Change “… PoC Primary PoC Session” to “… Primary PoC Session”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1759

		2004.12.06

		UP 6.3.6.2.1

		Editorial:


Please rephrase the title to:


Monitor Primary PoC Session terminated when no other PoC Sessions are established (add)


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		089 (089)

		2004.11.25

		UP 6.3.6.2.3

		Editorial:


Combine subclauses 6.3.6.2.1 and 6.3.6.2.1 by using an if sentence.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1438

		2004.12.06

		UP 6.3.6.2.x

		Technical:


Add missing transition from Primary active to Secondary active:


6.3.6.2.4
Monitor T14 (Conversation) timer fired for Primary PoC Session


When T14 (Conversation) timer fires for the Primary PoC Session and at least one Secondary PoC Session for the same PoC Client is established as specified in the [OMA-POC-CP] and fulfills conditions to be activated, the PoC Server:


SHALL enter the ‘U: Secondary Session active’ state;


SHALL relay RTP Media packets between the PoC Server performing the Controlling Function and the PoC Client for the selected Secondary PoC Session; and,


SHALL NOT relay RTP media packets between the PoC Server performing the Controlling Function and the PoC Client for any other PoC Session(s).


(OMA-POC-2004-1115)

		



		090 (090)

		2004.11.25

		UP 6.3.6.3

		Editorial:


Change the title to: State: ‘U: Secondary PoC Session active’


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		815

		2004.12.01

		UP 6.3.6.3

		Editorial: 


sSession -- > Session


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		816

		2004.12.01

		UP 6.3.6.3

		Editorial: 


State transition M: Primary Session Establish have no text in the procedures. Remove state transition or add text


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		091 (091)

		2004.11.25

		UP 6.3.6.3.1

		Editorial:


The first bullet shall be normal text.  Correct the bullet numbering accordingly.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1760

		2004.12.06

		UP 6.3.6.3.1

		Editorial:


Please rephrase the title to:


Monitor Secondary PoC Session terminated when no other PoC Sessions are established (add)


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		092 (092)

		2004.11.25

		UP 6.3.6.3.2

		Editorial:


Change the CP subclause reference to:  “PoC Session Locking request”


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		817

		2004.12.01

		UP 6.3.6.3.3

		Technical: 


State transition that matches the test in figure is missing. Add state transition in figure or remove text. Add state transition in figure or remove text


(OMA-POC-2004-1103)

		



		1439

		2004.12.06

		UP 6.3.6.3.x

		Technical:


Add missing transition from Secondary active to Primary active:


6.3.6.3.4 Monitor RTP Media packet for Primary PoC Session


When the PoC Server receives an RTP Media packet from the PoC Client or the PoC Server Performing the Controlling PoC Function over the Primary PoC Session the PoC Server:


1  SHALL enter the ‘U: Primary PoC Session active’ state; and,


2  SHALL relay RTP Media packets and TBCP messages for this PoC Session.


3  SHALL NOT relay RTP media packets between the PoC Server performing the Controlling Function and the PoC Client for any other PoC Session(s).


(OMA-POC-2004-1115)

		



		1761

		2004.12.06

		UP 6.3.6.3.x

		Both primary-active and secondary-active states missing description for:


- secondary session established


- secondary (but not the last) session terminated


(OMA-POC-2004-1120)

		



		818

		2004.12.01

		UP 6.3.6.4.1

		Technical: 


Names on trigger does not correspond to names in figure. The section contains 3 procedure. Maybe by choosing 3 different names on triggers the 3 procedures can be in 3 sections?


(OMA-POC-2004-1103)

		



		820

		2004.12.01

		UP 6.3.6.4.1

		Editorial: 


Reoccurring numbers in bullet lists


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		093 (093)

		2004.11.25

		UP 6.3.6.4.2

		Technical:


Clarify what “… fulfills conditions to be activated …” means.


(OMA-POC-2004-1068)

		[2004.11.29]


Section number corrected.


Valid comment.


AI: contribution assigned to Motorola.



		819

		2004.12.01

		UP 6.3.6.4.2

		Technical: 


Names on trigger does not correspond to names in figure. The section contains 3 procedure. Maybe by choosing 3 different names on triggers the 3 procedures can be in 3 sections?


(OMA-POC-2004-1103)

		



		821

		2004.12.01

		UP 6.3.6.4.2

		Editorial: 


Reoccurring numbers in bullet lists


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		094 (094)

		2004.11.25

		UP 6.3.6.4.3

		Editorial:


Correct the subclause numbering.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		095 (095)

		2004.11.25

		UP 6.3.6.4.3

		Technical:


Clarify that it is question about another PoC Session than the locked one.


(OMA-POC-2004-1068)

		[2004.11.29]


Valid comment.


Also the similar improvement would be needed for the secondary PoC session.


AI: contribution assigned to Motorola.



		1440

		2004.12.06

		UP 6.3.6.4.3

		Technical:


Delete as covered by 6.3.6.5.1


(OMA-POC-2004-1115)

		



		822

		2004.12.01

		UP 6.3.6.4.3

		Editorial: 


Reoccurring numbers in bullet lists


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		096 (096)

		2004.11.25

		UP 6.3.6.5

		Technical:


What is difference between this and the previous subclause ?


If this is needed, then correct subclause numbering.


(OMA-POC-2004-1068)

		[2004.11.29]


Valid comment.


Duplicate section to be removed.


AI: correction assigned to UP Editor



		1441

		2004.12.06

		UP 6.3.6.5

		Technical:


Text applies to all states but ‘Start-stop’ state. Proposal to modify text as follows:


6.3.6.5
State: Any state


This subclause describes the actions to be taken in all states defined for the general state diagram with the exception of the ‘Start-stop’ state.


6.3.6.5.1 Monitor TBCP Talk Burst Request message (M: TB_Request)


When the PoC Server receives a TBCP Talk Burst Request message from the PoC Client over the primary PoC Session, the PoC Server:


SHALL set the PoC User state to ‘S: Primary Session active’; and,


SHALL relay RTP media packets between the PoC Server performing the Controlling Function and the PoC Client for the Primary PoC Session


SHALL NOT relay RTP media packets between the PoC Server performing the Controlling Function and the PoC Client for any other PoC Session(s)


When the PoC Server receives a TBCP Talk Burst Request message from the PoC Client over a secondary PoC Session, the PoC Server:


SHALL set the PoC User state to ‘S: Secondary Session active’; and,


SHALL relay RTP media packets between the PoC Server performing the Controlling Function and the PoC Client for the selected Secondary PoC Session.


SHALL NOT relay RTP media packets between the PoC Server performing the Controlling Function and the PoC Client for any other PoC Session(s)


(OMA-POC-2004-1115)

		



		1762

		2004.12.06

		UP 6.3.6.5

		Is this section related to any state, or should it rather be 6.3.6.4.4?


(OMA-POC-2004-1120)

		



		823

		2004.12.01

		UP 6.3.6.5

		Editorial: 


Wrong section number. Should be 6.3.6.4.4


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		098 (098)

		2004.11.25

		UP 6.3.7

		Editorial:


Change in the figure 10 


“Initial PoC Session established” to “First PoC Session established”


and


“PoC Session established” to “Another PoC Session established”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1763

		2004.12.06

		UP 6.3.7

		Figure 10: Transition from active to start-stop has no description


(OMA-POC-2004-1120)

		



		1764

		2004.12.06

		UP 6.3.7

		Editorial:


Figure 10: Please rephrase transition from start-stop to active:


First (not Initial) PoC Session established


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		1765

		2004.12.06

		UP 6.3.7

		Editorial:


Figure 10: Please rephrase transition from start-stop to dormant:


Next (add) PoC Session established


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		1766

		2004.12.06

		UP 6.3.7

		Figure 10: Please rephrase transition from active to dormant:


M: SDP LockIn (another) OR (add)
M: SDP UnLock (this) OR (add)
M: PR Session Established OR (add)
M: TB Release OR (add)
T14 (Conversation Timer) fired (add T14 and "(" ")")


(OMA-POC-2004-1120)

		



		1767

		2004.12.06

		UP 6.3.7

		Figure 10: Missing loopback transition for active state: (add below)


M: SDP UnLock (this) OR
T14 (Conversation Timer) fired OR
M: PR Session Established


(OMA-POC-2004-1120)

		



		1768

		2004.12.06

		UP 6.3.7

		Editorial:


Figure 10: Please rephrase transition from dormant to active:


M: SDP LockIn (this) OR (add)
M: PR Session Established OR (add)
S: SDP UnLock (another) OR (add and capitalize or)
M: PR PoC Session terminated OR (add)
M: SC PoC Session terminated OR (add)
M: TB Request OR (add)
T14 (Conversation Timer) fired (add T14 and "(" ")")


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		1769

		2004.12.06

		UP 6.3.7

		Figure 10: Missing loopback transition for dormant state:(add below)


M: SDP UnLock (another) OR
M: PR Session Established OR
M: PR/SC Session Terminated


(OMA-POC-2004-1120)

		



		824

		2004.12.01

		UP 6.3.7 

		Technical: 


State transition between active and start-stop without trigger in the figure. Add trigger or remove transition


(OMA-POC-2004-1103)

		



		825

		2004.12.01

		UP 6.3.7  subsections

		Technical: 


The triggers shown in the figure do not always corresponds to the name of the procedures some triggers is missing. One example S: Session LockIn is wrong. Add triggers in parenthesis in the section header as in Section 6.2.5. The example the figure shows SDP LockIn.


(OMA-POC-2004-1103)

		



		097 (097)

		2004.11.25

		UP 6.3.7 and all subclauses

		Editorial:


Change all occurrences of “PoC Controlling Function” to “Controlling PoC Function”


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		099 (099)

		2004.11.25

		UP 6.3.7.1

		Editorial:


Move sentence:  “The State Diagram in Figure 10 “Multiple PoC Sessions state diagram - per PoC Session”  applies to one PoC Session out of multiple Simultaneous PoC Sessions supported the PoC Server for a PoC User.“ to subclause 6.3.7.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		826

		2004.12.01

		UP 6.3.7.1

		Technical: 


Shouldn't the second sentence be part of 6.3.7 or removed?


(OMA-POC-2004-1103)

		



		100 (100)

		2004.11.25

		UP 6.3.7.1.1

		Editorial:


Change in the title “Initial” to “First”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		101 (101)

		2004.11.25

		UP 6.3.7.1.1

		Editorial:


Change “talk burst” to “Talk Burst”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1770

		2004.12.06

		UP 6.3.7.1.1

		Editorial:


Change the title to be inline with 6.2.8.1.1:


First (not Initial) PoC Session established


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		102 (102)

		2004.11.25

		UP 6.3.7.1.2

		Editorial:


Change the title to : “Another PoC Session established”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1771

		2004.12.06

		UP 6.3.7.1.2

		Editorial:


Modify the title to clarify the difference to 6.3.7.1.1:


Next (add) PoC Session established


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		103 (103)

		2004.11.25

		UP 6.3.7.2

		Editorial:


Change the second paragraph :


In this state the PoC Client is monitoring TBCP messages and SIP requests with associated SDP information and is reacting on PoC Session events.


To say:


In this state the PoC Client is receiving and sending RTP Media and TBCP messages of this PoC Session and monitoring TBCP messages and SIP requests with associated SDP information of other PoC Sessions and is reacting on PoC Session events, as specified in the following subclauses.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1772

		2004.12.06

		UP 6.3.7.2

		Missing description how to reach start-stop state?


(OMA-POC-2004-1120)

		



		1773

		2004.12.06

		UP 6.3.7.2

		Missing description how to react on LockIn (this). [Note: the 6.3.7.2.3 describes LockIn (another).]


(OMA-POC-2004-1120)

		



		1774

		2004.12.06

		UP 6.3.7.2.1

		Editorial:


Please clarify the bullet (1):


1. SHALL relay the TBCP (add) messages...


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		104 (104)

		2004.11.25

		UP 6.3.7.2.3

		Editorial:


Correct the CP reference to “PoC Session locking request”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		105 (105)

		2004.11.25

		UP 6.3.7.2.4

		Editorial:


Correct the CP reference to “PoC Session locking request”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		106 (106)

		2004.11.25

		UP 6.3.7.2.4

		Editorial:


Change “UnLockOut” to “UnLock”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		107 (107)

		2004.11.25

		UP 6.3.7.2.4

		Editorial:


Change either – or structure to if – else structure.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		108 (108)

		2004.11.25

		UP 6.3.7.2.4

		Editorial:


Add in a bullet a. “… are fulfilled.”


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1775

		2004.12.06

		UP 6.3.7.2.4

		Editorial:


Please clarify the first sentence:


an indication from the PoC Client that this (not the) PoC Session is to be UnLockOut


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		109 (109)

		2004.11.25

		UP 6.3.7.2.5

		Editorial:


Change in the title “Fired” to “fired”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		110 (110)

		2004.11.25

		UP 6.3.7.2.5

		Editorial:


Change either - or structure to if – else structure.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		827

		2004.12.01

		UP 6.3.7.2.5

		Editorial: 


T14 not shown in figure instead the figure say conversation timer


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		111 (111)

		2004.11.25

		UP 6.3.7.2.6

		Editorial:


Change either - or structure to if – else structure.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		112 (112)

		2004.11.25

		UP 6.3.7.3

		Editorial:


Revome the duplicated full stop in the end of subclause


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		113 (113)

		2004.11.25

		UP 6.3.7.3.1

		Editorial:


Change the “Participating PoC Function” to “PoC Server performing the Participating PoC Function” or “PoC Server”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1776

		2004.12.06

		UP 6.3.7.3.1

		Editorial:


Please clarify the bullet (1):


1. SHOULD relay the TBCP (add) messages


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		114 (114)

		2004.11.25

		UP 6.3.7.3.3

		Editorial:


Correct the CP reference to “PoC Session locking request”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		115 (115)

		2004.11.25

		UP 6.3.7.3.4

		Editorial:


Correct the CP reference to “PoC Session priority request”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		116 (116)

		2004.11.25

		UP 6.3.7.3.5

		Editorial:


Correct the CP reference to “PoC Session locking request”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1777

		2004.12.06

		UP 6.3.7.3.5

		Locked session cannot be dormant. This transition makes is wrong.


Please modify:


On receipt of an indication from the PoC Client that another (not this) PoC Session...


...for switching to this (not another) PoC Session...


(OMA-POC-2004-1120)

		



		117 (117)

		2004.11.25

		UP 6.3.7.3.6

		Editorial:


Change “TBCP TB Taken message” to “TBCP Talk Burst Taken message”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		118 (118)

		2004.11.25

		UP 6.3.7.3.6

		Editorial:


Change in the step 1 “stateand,” to “state; and,”


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		119 (119)

		2004.11.25

		UP 6.3.7.3.7

		Editorial:


Change “Controlling PoC Server” to the “PoC Server performing the Controlling PoC Function”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		120 (120)

		2004.11.25

		UP 6.3.7.3.7

		Editorial:


Change “Secondary Session” to “Secondary PoC Session”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		121 (121)

		2004.11.25

		UP 6.3.7.3.7

		Editorial:


Change “TBCP TB Taken message” to “TBCP Talk Burst Taken message”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		122 (122)

		2004.11.25

		UP 6.3.7.3.8

		Editorial:


Change “TBCP TB Request” to “TBCP Talk Burst Request message”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		123 (123)

		2004.11.25

		UP 6.3.7.3.8

		Editorial:


Change either – or structure to if – else structure.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		124 (124)

		2004.11.25

		UP 6.3.7.3.9

		Editorial:


Change “TBCP TB Taken message” to “TBCP Talk Burst Taken message”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		828

		2004.12.01

		UP 6.3.7.3.9

		Editorial: 


T14 not shown in figure instead the figure say conversation timer


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		829

		2004.12.01

		UP 6.4

		Technical: 


The text in 6.4 is not complete. They only give reference to 2 chapters. I propose that these 2 paragraphs is replaced with a General chapter and text similar to 6.3 General


(OMA-POC-2004-1103)

		



		125 (125)

		2004.11.25

		UP 6.4.1

		Editorial:


Change “talk burst” to “Talk Burst” in several places.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		126 (126)

		2004.11.25

		UP 6.4.1

		Editorial:


Change “unconfirmed indication” to “Unconfirmed Indication”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		127 (127)

		2004.11.25

		UP 6.4.1

		Technical:


Change “PoC User” to “PoC Client” in the last sentence, because in the Auto-Answer case the User is not accepting an incoming session.


(OMA-POC-2004-1068)

		[2004.11.29]


Valid comment.


AI: correction assigned to UP Editor



		1778

		2004.12.06

		UP 6.4.1

		Please rewrite the sentence “If the original SIP INVITE / SIP REFER request is treated as an implicit Talk Burst Request...”


Both CP and UP specifications are missing definition which requests are treated as implicit requests and which not.


Please clarify when the request shall be treated as an implicit TB request.


(OMA-POC-2004-1120)

		



		128 (128)

		2004.11.25

		UP 6.4.2

		Editorial:


Reword whole the subclause, because now the most of the issues are said twice.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor


[2004.11.29]


Although most parts are editorial, due to slight difference among the paragraphs, UP editor can not work mechanically. Contribution required.


AI: contribution assigned to Ericsson



		129 (129)

		2004.11.25

		UP 6.4.2

		Editorial:


Change “control plane” to “Control Plane”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		130 (130)

		2004.11.25

		UP 6.4.2

		Technical:


The sentence “When a PoC Session is terminated (by either the PoC Client or PoC Server), the PoC Server follows a two stage procedure.” needs changes, because the PoC Session is always disclosed by the PoC Server.  (Additionally “termination” is a problematic term, because the session is terminated in the PoC Client B also in the initiation phase.)


(OMA-POC-2004-1068)

		[2004.11.29]


Valid comment.


Solution will be included in the contribution on [128].



		131 (131)

		2004.11.25

		UP 6.4.2

		Editorial:


Change “talk burst” to “Talk Burst” in several places.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		839

		2004.12.01

		UP 6.4.2.5.4 etc

		Editorial: 


Move down the "or" between bullet a and b. (This or similar change may apply to several places)


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		133 (133)

		2004.11.25

		UP 6.4.3

		Editorial:


Remove two additional “,” in the NOTE texts in the figure 11.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1779

		2004.12.06

		UP 6.4.3

		Figure 11: TB_Request retransmissions re needed. Missing loopback transition in “G: TB_Taken”: (add below)


R:TB_Request (from permitted client) AND S:TB_Granted (to permitted client)


(OMA-POC-2004-1120)

		



		1780

		2004.12.06

		UP 6.4.3

		It must be specified how to deal with unexpected requests (what to do if no transition is drawn in state diagram).


(OMA-POC-2004-1120)

		



		830

		2004.12.01

		UP 6.4.3

		Technical: 


A better introduction to 6.4.3 is needed.


(OMA-POC-2004-1103)

		



		831

		2004.12.01

		UP 6.4.3

		Editorial: 


Remove empty lines (swithc on hidden characters to see better)


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		832

		2004.12.01

		UP 6.4.3

		Technical: 


Note 2 below figure is not needed. Just duplication of text.


(OMA-POC-2004-1103)

		



		833

		2004.12.01

		UP 6.4.3

		Technical: 


Do we need a statement making it clear that if a TBCP message is received in a state and no explanation what to do is specified the PoC Client shall ignore the TBCP message.


(OMA-POC-2004-1103)

		



		834

		2004.12.01

		UP 6.4.3

		Editorial: 


Missing space in NOTE 1


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		132 (132)

		2004.11.25

		UP 6.4.3 and subclauses

		Editorial:


Change “talk burst” to “Talk Burst”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1781

		2004.12.06

		UP 6.4.3.1.1

		How does the server know if the session establishment shall be interpreted as implicit Talk Burst request?


(OMA-POC-2004-1120)

		



		703

		2004.12.01

		UP 6.4.3.2

		The state transition show sending of TB messages while the procedures do not mention that


(OMA-POC-2004-1103)

		



		1783

		2004.12.06

		UP 6.4.3.2.1

		The UDP packets might be reordered. Similarly to the TB_Release which contains #seq of last packet, the TB_Idle should contain #seq of last packet to avoid problem show below:


[image: image2.wmf]PoC Server


UE


RTP Audio


RTP Audio


New Talkburst!


RTCP Floor Idle




Proposal: The TBCP Idle message


SHALL include the SSRC of last speaker


SHOULD include the sequence number of the last RTP media packet


(OMA-POC-2004-1120)

		



		1782

		2004.12.06

		UP 6.4.3.2.2

		How does the server know if the session establishment shall be interpreted as implicit Talk Burst request?


(OMA-POC-2004-1120)

		



		704

		2004.12.01

		UP 6.4.3.2.4

		Section heading do not correspond to trigger in figure


(OMA-POC-2004-1103)

		



		134 (134)

		2004.11.25

		UP 6.4.3.2.5

		Editorial:


Change “talk burst request” to “Talk Burst Request”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		835

		2004.12.01

		UP 6.4.3.2.5

		Editorial: 


Remove empty lines (switch on hidden characters to see better)


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1784

		2004.12.06

		UP 6.4.3.3.4

		In case the distinguished participant is talking, the bullet (1a) is applied.


Please modify the (1a)


...towards all other PoC Clients, if the PoC Session is not a 1-many-1 Session, or the Distinguished Participant is talking (add);.or,


(OMA-POC-2004-1120)

		



		135 (135)

		2004.11.25

		UP 6.4.3.3.6

		Editorial:


Change in the title: “pre-empt” to “pre-emptive”


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		136 (136)

		2004.11.25

		UP 6.4.3.3.6

		Editorial:


Add “)” in the end of the title.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		705

		2004.12.01

		UP 6.4.3.3.6

		The state transition show sending of TB messages while the procedures do not mention that


(OMA-POC-2004-1103)

		



		1789

		2004.12.06

		UP 6.4.3.3.x

		The TB_request (from permitted client) is not described anywhere.


(OMA-POC-2004-1120)

		



		1785

		2004.12.06

		UP 6.4.3.4.2

		In case the distinguished participant is talking, the bullet (1a) is applied.


Please modify the (1a)


...towards all other PoC Clients, if the PoC Session is not a 1-many-1 Session, or the Distinguished Participant is talking (add);.or,


(OMA-POC-2004-1120)

		



		1790

		2004.12.06

		UP 6.4.3.4.2

		Please clarify that RTP Media with higher #seq are not forwarded.


(OMA-POC-2004-1120)

		



		836

		2004.12.01

		UP 6.4.3.4.2 etc

		Editorial: 


Move down the "or" between bullet a and b. (This or similar change may apply to several places)


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1786

		2004.12.06

		UP 6.4.3.4.3

		In case the distinguished participant is talking, the bullet (1a) is applied.


Please modify the (1a)


...towards all other PoC Clients, if the PoC Session is not a 1-many-1 Session, or the Distinguished Participant is talking (add);.or,


(OMA-POC-2004-1120)

		



		837

		2004.12.01

		UP 6.4.3.4.3 etc

		Editorial: 


Move down the "or" between bullet a and b. (This or similar change may apply to several places)


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1787

		2004.12.06

		UP 6.4.3.5.2

		In case the distinguished participant is talking, the bullet (1a) is applied.


Please modify the (1a)


...towards all other PoC Clients, if the PoC Session is not a 1-many-1 Session, or the Distinguished Participant is talking (add);.or,


(OMA-POC-2004-1120)

		



		838

		2004.12.01

		UP 6.4.3.5.2 etc

		Editorial: 


Move down the "or" between bullet a and b. (This or similar change may apply to several places)


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1788

		2004.12.06

		UP 6.4.3.5.4

		In case the distinguished participant is talking, the bullet (1a) is applied.


Please modify the (1a)


...towards all other PoC Clients, if the PoC Session is not a 1-many-1 Session, or the Distinguished Participant is talking (add);.or,


(OMA-POC-2004-1120)

		



		1791

		2004.12.06

		UP 6.4.3.5.4

		Please clarify that RTP Media with higher #seq are not forwarded.


(OMA-POC-2004-1120)

		



		137 (137)

		2004.11.25

		UP 6.4.3.6.1

		Editorial:


Correct the bullet numbering.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		840

		2004.12.01

		UP 6.4.3.7.1

		Editorial: 


Remove empty lines (switch on hidden characters to see better)


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1792

		2004.12.06

		UP 6.4.4

		Figure 12: The TB_Request retransmissions should be handled. Please insert a loopback transition to “U:permitted” (add below)


R: TB_Request AND
S: TB_Granted


(OMA-POC-2004-1120)

		



		841

		2004.12.01

		UP 6.4.4

		Editorial: 


Remove empty lines (switch on hidden characters to see better)


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		842

		2004.12.01

		UP 6.4.4

		Editorial: 


S:TB_Q_Status in bold in the figure. Change to normal font


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		138 (138)

		2004.11.25

		UP 6.4.4 and subclauses

		Editorial:


Change “talk burst” to “Talk Burst” and “talk burst request” to “Talk Burst Request”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		139 (139)

		2004.11.25

		UP 6.4.4 and subclauses

		Editorial:


Change “Priority” to “priority”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		140 (140)

		2004.11.25

		UP 6.4.4.1

		Editorial:


In all other subclauses the state transitions from “start-stop” are described different way. Would be nice to align this subclause. 


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor


[2004.11.29]


Commentator felt this chapter was not sufficiently broken, his request was to re-organise this chapter as 6.4.3.1. However after a long discussion, it was decided that this chapter would be left as it is. Commentator accepted.



		141 (141)

		2004.11.25

		UP 6.4.4.1

		Editorial:


Step 1. e. i. :  remove “The PoC Server” in the beginning of the sentence.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		142 (142)

		2004.11.25

		UP 6.4.4.1

		Editorial:


Change “preemptive” to “pre-emptive”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		143 (143)

		2004.11.25

		UP 6.4.4.1

		Technical:


Quite likely the sentence in the step 1. e. i. :  “which SHALL be set to the maximum Priority the PoC Client is permitted to request” is wrong.  Should be corrected.


(OMA-POC-2004-1068)

		[2004.11.29]


Commentator's question resolved. Needs for improvement from the reader's point of view to avoid the similar misunderstanding in future.


AI: contribution assigned to Motorola.



		843

		2004.12.01

		UP 6.4.4.1

		Editorial: 


The text “Enter the ‘U: not permitted and TB_Idle state” should use italic font


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		144 (144)

		2004.11.25

		UP 6.4.4.2

		Editorial:


Change ’State U: not permitted and TB_Idle’ to ’U: not permitted and TB_Idle’


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		145 (145)

		2004.11.25

		UP 6.4.4.3

		Editorial:


Change ’State U: not permitted and TB_Taken’ to ’U: not permitted and TB_Taken’


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		844

		2004.12.01

		UP 6.4.4.3.3

		Editorial: 


Reoccurring numbers in bullet list 


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		845

		2004.12.01

		UP 6.4.4.3.4

		Editorial: 


Reoccurring numbers in bullet list 


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		846

		2004.12.01

		UP 6.4.4.3.5

		Editorial: 


The state transition arrow in the figure point the wrong direction


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		847

		2004.12.01

		UP 6.4.4.4.5

		Editorial: 


Bullet list starts at 3 and then go 4


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1793

		2004.12.06

		UP 6.4.4.4.x

		It should be described how to handle “TB_Request (from granted user)”.


(OMA-POC-2004-1120)

		



		146 (146)

		2004.11.25

		UP 6.4.4.5

		Editorial:


Correct the bullet numbering.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		147 (147)

		2004.11.25

		UP 6.4.4.5

		Editorial:


Change ’State U: pending TB_Revoke’ to ’U: pending TB_Revoke’


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		148 (148)

		2004.11.25

		UP 6.4.4.5.2

		Technical:


Change the bullet 1.b. 


“SHOULD include the previous retry after time decremented by T8 (Talk Burst Revoke) seconds” 


to 


“SHOULD include the previous retry after time, which MAY be decremented by T8 (Talk Burst Revoke) seconds”


Because this is optional element and additionally there may be problems when the timer value “turns around” (from 0000 to FFFF).


(OMA-POC-2004-1068)

		[2004.11.29]


Valid comment.


AI: correction assigned to UP Editor



		149 (149)

		2004.11.25

		UP 6.4.4.5.3

		Editorial:


Correct bullet numbering.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		848

		2004.12.01

		UP 6.4.4.5.3

		Editorial: 


Bullet list starts at 4


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		150 (150)

		2004.11.25

		UP 6.4.4.6

		Editorial:


Change ’State U: waiting TB_Revoke’ to ’U: waiting TB_Revoke’


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		151 (151)

		2004.11.25

		UP 6.4.4.6.3

		Technical:


This subclause is likely wrong.


There should happen nothing when the T9 timer expires, but when this is running, new TB requests will be rejected. This shall be described in the state machines. 


(OMA-POC-2004-1068)

		[2004.11.29]


Valid comment.


Impact on 6.4.4.6.2.


AI: correction assigned to UP Editor



		706

		2004.12.01

		UP 6.4.4.6.3

		State transition in the figure show S: TB_Taken but the text do not mention sending of TB_Taken


(OMA-POC-2004-1103)

		



		849

		2004.12.01

		UP 6.4.4.8

		Technical: 


The text is not represented by the figure. Add bubbles to figure


(OMA-POC-2004-1103)

		



		152 (152)

		2004.11.25

		UP 6.4.4.8.1

		Editorial:


Change in the bullet 2 “TCBP” to “TBCP”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		153 (153)

		2004.11.25

		UP 6.4.4.9.1

		Technical:


Should we also stop all running timers, when entering to ‘start-stop’ state ?


(OMA-POC-2004-1068)

		[2004.11.29]


Valid comment.


Similar issue as [075].


AI: contribution assigned to Motorola.



		154 (154)

		2004.11.25

		UP 6.5 and all subclauses

		Editorial:


Change “talk burst” to “Talk Burst” and “talk burst request” to “Talk Burst Request”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		155 (155)

		2004.11.25

		UP 6.5.1.1

		Editorial:


Remove Chris Bennet’s comment.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		156 (156)

		2004.11.25

		UP 6.5.1.1

		Editorial:


Use decimal values as elsewhere in the subclause 6.5


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		157 (157)

		2004.11.25

		UP 6.5.1.1

		Editorial:


Change “preemptive” to “pre-emptive”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1956

		2004.12.06

		UP 6.5.1.1

		Privileges for setting priorities need to be authorized, otherwise the mechanism is useless. This mechanism is not defined in the PoC_CP. 


(OMA-POC-2004-1129)

		



		850

		2004.12.01

		UP 6.5.1.1

		Technical: 


Hex numbers. Change to decimal.


(OMA-POC-2004-1103)

		



		851

		2004.12.01

		UP 6.5.1.1

		Editorial: 


Sections have wrong section numbering. Should be 6.5.2.1 & 6.5.2.2.


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1408

		2004.12.06

		UP 6.5.1.2

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		158 (158)

		2004.11.25

		UP 6.5.1.2

		Editorial:


Change the blue text to black one and remove the underlining.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		159 (159)

		2004.11.25

		UP 6.5.1.2

		Editorial:


Use decimal values as elsewhere in the subclause 6.5


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1955

		2004.12.06

		UP 6.5.1.2

		Synchronisation mechanism for timestamp needs to be defined. 


(OMA-POC-2004-1129)

		



		852

		2004.12.01

		UP 6.5.1.2

		Editorial: 


Sections have wrong section numbering. Should be 6.5.2.1 & 6.5.2.2.


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		853

		2004.12.01

		UP 6.5.1.2

		Technical: 


Hex numbers. Change to decimal


(OMA-POC-2004-1103)

		



		854

		2004.12.01

		UP 6.5.1.2

		Editorial: 


Reference [RFC 1305] wrong syntax. should be [RFC1305]


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1802

		2004.12.06

		UP 6.5.10

		The doubled “Request” word is strage. We propose to rename to:


TBCP Talk Burst (remove Request) Queue Status Request message


(OMA-POC-2004-1120)

		



		855

		2004.12.01

		UP 6.5.10

		Editorial: 


First paragraph after table, the normative text is written with small letters. shall -> SHALL


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		164 (164)

		2004.11.25

		UP 6.5.11

		Editorial:


Change “controlling Poc Server” to “PoC Server performing the Controlling PoC Function”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		165 (165)

		2004.11.25

		UP 6.5.11

		Editorial:


Use decimal values.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1803

		2004.12.06

		UP 6.5.11

		The word “Request” is misleading since this message is used as response. We propose to rephrase:


TBCP Talk Burst (remove Request) Queue Status message


(OMA-POC-2004-1120)

		



		856

		2004.12.01

		UP 6.5.11

		Editorial: 


First paragraph after table, the normative text is written with small letters. shall -> SHALL


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		857

		2004.12.01

		UP 6.5.11

		Technical: 


Hex numbers. Change to decimal


(OMA-POC-2004-1103)

		



		858

		2004.12.01

		UP 6.5.11

		Technical: 


Text mentions a four digit Hex number 0xFFFF, all other Hex numbers are two digits. Change to decimal


(OMA-POC-2004-1103)

		



		1410

		2004.12.06

		UP 6.5.12

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		1412

		2004.12.06

		UP 6.5.12

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		859

		2004.12.01

		UP 6.5.12

		Editorial: 


First paragraph after table, the normative text is written with small letters. shall -> SHALL


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		860

		2004.12.01

		UP 6.5.12

		Editorial: 


Wrong syntax on table reference above the table Change to same syntax as in sections  6.5.1-6.5.11


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1413

		2004.12.06

		UP 6.5.13

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		166 (166)

		2004.11.25

		UP 6.5.13

		Technical:


Change two first paragraphs:


The TBCP Connect message is sent as an action from the PoC Server performing the Participating PoC Function to inform PoC Client(s) using Pre-established Session that it has been connected to a PoC Session.


Using the Pre-established Session procedure, the TBCP Talk Burst Connect message informs the PoC Client(s) e.g. that it has been invited to a PoC Session and PoC Session Identity.


(OMA-POC-2004-1068)

		[2004.11.29]


Valid comment.


Change as the comment proposes.


AI: correction assigned to UP Editor



		167 (167)

		2004.11.25

		UP 6.5.13

		Editorial:


Clean the table 13 by removing the duplicated line including SDES item content and Additional indications.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		168 (168)

		2004.11.25

		UP 6.5.13

		Editorial:


Change “ABCDXXXXXXXXXXXX” to “ABCDEXXXXXXXXXXX”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		169 (169)

		2004.11.25

		UP 6.5.13

		Editorial:


Change “JXXXXXXXXXXXXXXX” to “axxxxxxxxxxxxxxx” and “J= Manual Answer Override Indication” to “a= Manual Answer Override Indication” and “X= for future use (set to 0)” to “x = for future use (set to 0)”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1804

		2004.12.06

		UP 6.5.13

		Editorial:


Table 13: Remove the duplicated line before SDES items.


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		1805

		2004.12.06

		UP 6.5.13

		Table 13: The description of the last item is misleading: the content depends on the “bitmask”. Please rephrase:


SDES items (add s) (remove CNAME followed by SDES item NAME)


(OMA-POC-2004-1120)

		



		1806

		2004.12.06

		UP 6.5.13

		Editorial:


Please modify the bullet list to always explicitly state SHALL/SHOULD/MAY.


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		1807

		2004.12.06

		UP 6.5.13

		Change:


the bit pattern ABCDXXXXXXXXXXXX


To:


the 16-bit pattern ABCDEXXXXXXXXXXX


(OMA-POC-2004-1120)

		



		1808

		2004.12.06

		UP 6.5.13

		Change:


the bit pattern JXXXXXXXXXXXXXXX


To:


the 16-bit pattern JXXXXXXXXXXXXXXX


(OMA-POC-2004-1120)

		



		861

		2004.12.01

		UP 6.5.13

		Editorial: 


The following bit pattern in the subtype field shall be used for the TBCP Talk Burst Taken message: 01111 --> The following bit pattern in the subtype field shall be used for the TBCP Connect message: 01111


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		862

		2004.12.01

		UP 6.5.13

		Editorial: 


Wrong syntax on table reference above the table. Change to same syntax as in sections  6.5.1-6.5.11


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		863

		2004.12.01

		UP 6.5.13

		Editorial: 


Typo in (a full stop too much in the text): Table 13: TBCP Connect message. shows the content of the message. Change to: Table 13: TBCP Connect message shows the content of the message.


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		864

		2004.12.01

		UP 6.5.13

		Editorial: 


First paragraph after table, shall -> SHALL


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		865

		2004.12.01

		UP 6.5.13

		Editorial: 


Weak description of how the SDES items must appear. Rephrase and use SHALL


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1407

		2004.12.06

		UP 6.5.2

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		1794

		2004.12.06

		UP 6.5.2

		Please clarify the second bullet: (add below)


Note: The option length doesn’t need to be multiple of 4.


(OMA-POC-2004-1120)

		



		1795

		2004.12.06

		UP 6.5.2

		Editorial:


The (not If the sum) of the lengths of all Talk Burst Request Option fields SHALL be padded to a multiple of 4 bytes.,


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		866

		2004.12.01

		UP 6.5.2

		Editorial: 


First paragraph after table, shall -> SHALL


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		867

		2004.12.01

		UP 6.5.3

		Editorial: 


First paragraph after table, shall -> SHALL


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1796

		2004.12.06

		UP 6.5.4

		Please show the “Padding” at the end of the table 4 (similarly to table 2 in 6.5.2).


(OMA-POC-2004-1120)

		



		1798

		2004.12.06

		UP 6.5.4

		Please modify the second last paragraph (to assure compatibility with future extensions):


Change:


If the length of the Reason code field, Length field and Reason phrase field is not aligned to multiples of 32 bits the remaining 24, 16 or 8 bits SHALL be set to zero. 


To:


The length of application-dependent data SHALL be padded to a multiple of 4 bytes. The value of the padding bytes SHOULD be set to zero. The PoC Client SHALL ignore the value of the padding bytes.


(OMA-POC-2004-1120)

		



		868

		2004.12.01

		UP 6.5.4

		Editorial: 


First paragraph after table, shall -> SHALL


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		160 (160)

		2004.11.25

		UP 6.5.4.1.3

		Editorial:


Change the title “Only one Participant in the Group” to “Only one Participant in the Session”


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		161 (161)

		2004.11.25

		UP 6.5.4.1.3

		Editorial:


Change “talk request” to “Talk Burst Request”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		869

		2004.12.01

		UP 6.5.4.1.4

		Editorial: 


Second paragraph, shall -> SHALL


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1409

		2004.12.06

		UP 6.5.5

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		1411

		2004.12.06

		UP 6.5.5

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		162 (162)

		2004.11.25

		UP 6.5.5

		Editorial:


Align the font in “SO60 in CDMA2000 [3GPP2 C.S0047-0 v1.0].”


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		1799

		2004.12.06

		UP 6.5.5

		Please modify the padding description (to assure compatibility with future extensions):


The last 15 bits in the application-dependent data field is padding and SHOULD be (replace are) set to zero. The PoC Server SHALL ignore the value of the padding bytes.(add)


(OMA-POC-2004-1120)

		



		870

		2004.12.01

		UP 6.5.5

		Editorial: 


First paragraph after table, shall -> SHALL


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		871

		2004.12.01

		UP 6.5.5

		Editorial: 


Half of the 3GPP2 reference have wrong font. Change to Times New Roman


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1800

		2004.12.06

		UP 6.5.6

		To solve the problem caused by reordered RTP Media (see above) it’s useful to add sequence of the last RTP packet into the Idle packet:


Proposal:


Add optional field into Idle:


option ID (1B), size (1B), sequence number of last packet (2B)


SSRC of last speaker (4B)


(OMA-POC-2004-1120)

		



		872

		2004.12.01

		UP 6.5.6

		Editorial: 


First paragraph talks about client. Change to PoC Client


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		873

		2004.12.01

		UP 6.5.6

		First paragraph after table, shall -> SHALL


(OMA-POC-2004-1103)

		



		1442

		2004.12.06

		UP 6.5.7

		Technical:


Change first paragraph to remove the words “non-requesting”  The Controlling PoC function may send the TB_Taken to all PoC Clients, including the requesting PoC Client.  Old:


The TBCP Talk Burst Taken message is sent as an action from the PoC Server performing the Controlling PoC Function to inform non-requesting PoC Client(s) that someone has been granted permission to send a talk burst.


New:


The TBCP Talk Burst Taken message is sent as an action from the PoC Server performing the Controlling PoC Function to inform PoC Client(s) that someone has been granted permission to send a talk burst.


(OMA-POC-2004-1115)

		



		1797

		2004.12.06

		UP 6.5.7

		Please show the “Padding” at the end of the table 4 (similarly to table 2 in 6.5.2).


(OMA-POC-2004-1120)

		



		1801

		2004.12.06

		UP 6.5.7

		Please add padding related description: (add below)


The length of application-dependent data SHALL be padded to a multiple of 4 bytes. The value of the padding bytes SHOULD be set to zero. The PoC Client SHALL ignore the value of the padding bytes.


(OMA-POC-2004-1120)

		



		2189

		2004.12.06

		UP 6.5.7

		Technical:


Change the SSRC of PoC server to the SSRC of the sending (talking) PoC Client to support the talking party identification as described in the clause 8. 


Nokia to contribute.


(OMA-POC-2004-1136)

		



		874

		2004.12.01

		UP 6.5.7

		First paragraph after table, shall -> SHALL


(OMA-POC-2004-1103)

		



		1443

		2004.12.06

		UP 6.5.8.1.3

		Technical:


Eliminate the following paragraph, which is unclear and is unneeded, since the state diagrams are normative here:


If no PoC Client has permission to send a talk burst when the PoC Client comes back to coverage and transmits speech, the PoC Server SHALL send a TBCP Talk Burst Revoke message to the PoC Client indicating that the PoC Client does not have permission to send a talk burst. If another PoC Client has been given permission to send a talk burst when the PoC Client comes back to coverage and transmits speech, the PoC Server performing the Controlling PoC Function SHALL send a TBCP Talk Burst Revoke message to the PoC Client indicating that the PoC Client does not have permission to send a talk burst. 


(OMA-POC-2004-1115)

		



		875

		2004.12.01

		UP 6.5.8.1.3

		Editorial: 


The End of RTP Media timer  --> T1 (End of RTP Media timer) 


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		163 (163)

		2004.11.25

		UP 6.5.8.1.4

		Editorial:


Change “preemptive” to “pre-emptive”.


(OMA-POC-2004-1068)

		[2004.11.26]


Valid comment.


AI: correction assigned to UP Editor






		876

		2004.12.01

		UP 6.5.9

		Editorial: 


First paragraph after table, shall -> SHALL


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		877

		2004.12.01

		UP 6.5.9

		Editorial: 


Second paragraph after table, shall -> SHALL


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		878

		2004.12.01

		UP 6.5.9

		Editorial: 


Third paragraph after table, shall -> SHALL


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		879

		2004.12.01

		UP 6.5.9

		Technical: 


Talk Burst Taken Ack does not indicate what it acknowledge. In case of pre-established session on terminating side a TBCP Connect and TBCP Talk Burst Taken could have been sent and not yet been acknowledged.


(OMA-POC-2004-1103)

		



		1432

		2004.12.06

		UP 6.7.2.2

		Technical:


Since this transition occurs when the Primary session is active, the first paragraph can be simplified from:


When a Primary PoC Session is an Active PoC Session and the PoC Client sends SDP LockIn information for this PoC Session as specified in [OMA-POC-CP] the PoC Client:


To:


When the PoC Client sends SDP LockIn information for a PoC Session as specified in [OMA-POC-CP] the PoC Client:


(OMA-POC-2004-1115)

		



		580 (566)

		2004.12.01

		UP 7 and subclauses

		Editorial:


Change “talk burst” to “Talk Burst”


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		581 (567)

		2004.12.01

		UP 7.1.2

		Editorial:


Change in the NOTE 


“… is not sent and lost.” 


to 


“... is not sent and is lost.”


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		582 (568)

		2004.12.01

		UP 7.1.2

		Editorial:  


Remove the gray bar before the Note 4.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		880

		2004.12.01

		UP 7.1.2

		Editorial: 


A "editors note box" is left behind . Remove it


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1414

		2004.12.06

		UP 7.1.2.2

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		1818

		2004.12.06

		UP 7.1.2.2

		Editorial:


Remove the empty box.

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		583 (569)

		2004.12.01

		UP 7.1.3

		Editorial:


Change in the last bullet:


“(this is a Simultaneous PoC Session case)” to “(in a Simultaneous PoC Sessions case”)


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		1415

		2004.12.06

		UP 7.2

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		1809

		2004.12.06

		UP 7.2

		Editorial:


Wrong reference:


...see subclause 7.2 “User Plane adaptation” (correct reference is 7.3)


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		584 (570)

		2004.12.01

		UP 7.2 and subclauses

		Technical:


The media parameter negotiation needs additional clarifications.


Nokia will contribute the change proposal.


(OMA-POC-2004-1101)

		



		881

		2004.12.01

		UP 7.2.2

		Editorial: 


The text say: Media parameters (several places). Change to Media Parameters


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		882

		2004.12.01

		UP 7.2.2

		Editorial: 


Text say: PoC server (several places) . Change to PoC Server


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		883

		2004.12.01

		UP 7.2.3

		Editorial: 


Text say: PoC server (several places) . Change to PoC Server


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		585 (571)

		2004.12.01

		UP 7.3

		Editorial:


Change in the second paragraph “the Session” to “the PoC Session”.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		1957

		2004.12.06

		UP 7.3.1

		How does PoC server initiate the re-negotiation of the media parameters? Needs to be specified


(OMA-POC-2004-1129)

		



		586 (572)

		2004.12.01

		UP 7.3.3

		Editorial:


Change in the second last paragraph “members” to “participants”.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		587 (573)

		2004.12.01

		UP 7.3.3

		Editorial:


Write the last paragraph :


“In the case that the Media Parameters of the new participant force the PoC Server to update all other PoC Session Participants, the PoC Server SHALL update ….”


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		1416

		2004.12.06

		UP 7.4.1

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		1958

		2004.12.06

		UP 7.4.1

		State of PoC client performance when putting media on hold needs to be clarified in the State diagrams. 


(OMA-POC-2004-1129)

		



		1959

		2004.12.06

		UP 7.4.1

		How will the PoC Server deal with the incoming talk bursts received when the session is on hold?  Define a state machine that described the procedure between Clinet and server in the hold scenario.


(OMA-POC-2004-1129)

		



		588 (574)

		2004.12.01

		UP 7.4.1

		Editorial:


Add CP references:


“PoC Client placing media on hold” and


“PoC Client placing media off hold”


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		1417

		2004.12.06

		UP 7.4.3

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		589 (575)

		2004.12.01

		UP 7.4.3

		Editorial:


Rewrite the third sentence:


“Since the media is placed off hold the RTP Media packets SHALL be transferred to the PoC Client.”


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		1418

		2004.12.06

		UP 7.5.2

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		884

		2004.12.01

		UP 7.5.2

		Technical: 


First bullet, say PoC Session is closed. What is a closed PoC Session???? Should it be released PoC Session!


(OMA-POC-2004-1103)

		



		1444

		2004.12.06

		UP 7.6

		Technical:


The contents of this section are covered in 6.2.5.7.1 (as modified in an earlier comment) and 6.3.5.3.4 & 6.3.5.5.


So I recommend deleting the section.


(OMA-POC-2004-1115)

		



		885

		2004.12.01

		UP 7.6

		Technical: 


Why is this section present isn't all the stuff already part of the procedures?


(OMA-POC-2004-1103)

		



		590 (576)

		2004.12.01

		UP 7.6.1

		Editorial:


Change “TBCP Talk Burst Disconnect” to “TBCP Disconnect”


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		591 (577)

		2004.12.01

		UP 7.6.2

		Editorial:


Change “TBCP Talk Burst Disconnect” to “TBCP Disconnect”


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		1419

		2004.12.06

		UP 7.8.1

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		592 (578)

		2004.12.01

		UP 7.8.1

		Editorial:


Remove “(PENDING)” from the title.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		1445

		2004.12.06

		UP 7.8.3

		Technical:


The text in section 7.8.3 is hard to read.  Below is a proposed rewrite of the text.  This should be identical in meaning to what was written.


If the PoC Server sends Talk Burst Granted to the originating PoC Client either in the Talk Burst Granted message or in the 200 OK response after it has received an unconfirmed indication for one or more terminating PoC Clients, the PoC Server SHALL support RTP Media buffering until at least 1 PoC Client has responded accepting the invitation.  There SHALL only be 1 buffer for a PoC Session and when the PoC Server begins to forward the RTP Media packets to the PoC Clients, it SHALL discard the RTP Media packets after they have been forwarded.  The buffer details including the buffer depth are not defined in this specification.


NOTE: In the case of manual answer, the PoC Server begins sending RTP Media packets when the first PoC Client answers and does not retain those RTP Media packets for PoC Clients that answer later.


(OMA-POC-2004-1115)

		



		593 (579)

		2004.12.01

		UP 7.8.3

		Editorial:


Change “unconfirmed indication” to “Unconfirmed Indication”.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		594 (580)

		2004.12.01

		UP 7.8.3

		Editorial:


Rewrite the Note:


“NOTE:
In case of the manual answer the PoC Server performing the Controlling PoC Function starts to send RTP Media to the first answered PoC Client and doesn’t buffer the RTP Media for other PoC Clients, who has not yet answered.”


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		886

		2004.12.01

		UP 7.9

		Technical: 


What kind of support is needed by the PoC Server. Should be rephrased to: "When communicating with a 3GPP2 compliant UE, the PoC server SHALL support the handling of EVRC specific Media Parameters."


(OMA-POC-2004-1103)

		



		887

		2004.12.01

		UP 7.9

		Editorial: 


The text say: PoC server --> Change to PoC Server


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		597 (583)

		2004.12.01

		UP 8

		Technical:


Add subclause 


8.3 Talker Identification information in the PoC Server performing the Participating Function


If display name of the talker is configured in the PoC Server of the Home Network, the PoC Server SHALL add the configured display name in the TBCP Talk Burst Taken message.


(OMA-POC-2004-1101)

		



		595 (581)

		2004.12.01

		UP 8 and subclauses

		Editorial:


Change “talk burst” to “Talk Burst”


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		1446

		2004.12.06

		UP 8.1

		Technical:


The text in paragraph 3  says:


The PoC Server SHALL keep a list of all Participants’ PoC Addresses and display names.


For Ad-hoc calls, what mechanism provides the display name back to the Controlling PoC server? 


(OMA-POC-2004-1115)

		



		596 (582)

		2004.12.01

		UP 8.1

		Technical:


Add in the end of 4th paragraph “, if anonymity is not requested”


(OMA-POC-2004-1101)

		



		599 (585)

		2004.12.01

		UP 9 and all subclauses

		Editorial:


Correct the text to be consistent in all table boxes.  Now some of them are bold and some others are normal.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		598 (584)

		2004.12.01

		UP 9 and subclauses

		Editorial:


Change “talk burst” to “Talk Burst”


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		600 (586)

		2004.12.01

		UP 9.1

		Technical:


T5 and T6 are defined, but the use is not described in the state machines.  These state machines may need to be added somewhere else than in clause 6.


(OMA-POC-2004-1101)

		



		601 (587)

		2004.12.01

		UP 9.2

		Editorial:


Change wording T15, on expiry from “Repeat the sending of the Talk Burst taken packet to PoC Client.” 


to 


“Repeat the sending of the TBCP Connect packet to PoC Client”.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		602 (588)

		2004.12.01

		UP 9.2

		Editorial:


Change wording T16, on expiry from


“WhenT16 expires, a new TBCP message is sent.”


to


“WhenT16 expires, a new TBCP Disconnect message is sent.”


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		888

		2004.12.01

		UP 9.2

		Editorial: 


Timer T15 & T16 uses bold text. Change to normal font


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1810

		2004.12.06

		UP 9.3

		Editorial:


ON EXPIRY of T12: “When T9 expires...”(correct reference is T12)


(OMA-POC-2004-1120)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor



		603 (589)

		2004.12.01

		UP 9.3

		Editorial:


T11 timer:  Correct the text in the box  “Timer Value” to say:  


“The total time during which the PoC Client retransmits TBCP Talk Burst Request messages shall be less than 6 seconds.”


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		604 (590)

		2004.12.01

		UP 9.3

		Editorial:


Remove additional “,” in the T11, normal stop.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		605 (591)

		2004.12.01

		UP 9.3

		Technical:


T11 shall always be shorter than T1. In case of NNI there is no guarantee, that these timers fulfill this rule, because they are not at all tied to together.  The timer value negotiation procedure should be specified (although it should be optional to use).


(OMA-POC-2004-1101)

		



		1811

		2004.12.06

		UP A

		Remove “TBCP” from first, third and last bullet.


(OMA-POC-2004-1120)

		



		2190

		2004.12.06

		UP A 

		Editorial:


Should we have more comprehensive description about the syntax of SCR tables as PAG has in the POC-XDM Specification ?


(OMA-POC-2004-1136)

		[2004.12.07]


Valid comment.


AI: correction assigned to UP Editor



		606 (592)

		2004.12.01

		UP B

		Editorial:


Add TBCP in the beginning of the bullets, where it is missing.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		889

		2004.12.01

		UP B

		Technical: 


Remove all text except the first paragraph. The text is not anyway complete.


(OMA-POC-2004-1103)

		



		890

		2004.12.01

		UP B

		Editorial: 


Remove empty lines (switch on hidden characters to see better)


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		607 (593)

		2004.12.01

		UP B and subclauses

		Editorial:


Change “talk burst” to “Talk Burst”.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		1812

		2004.12.06

		UP B.1

		This is an informative section. Which normative chapter defines what should be interpreted as implicit TB request?


(OMA-POC-2004-1120)

		



		1420

		2004.12.06

		UP B.1.1.1

		Editorial:


Contribution “OMA-POC-2004-1113-UP-changes” proposes editorial changes to resolve issues in this (sub)clause:


(OMA-POC-2004-1115)

		[2004.12.06]


Valid comment.


AI: correction assigned to UP Editor






		608 (594)

		2004.12.01

		UP B.1.1.1

		Editorial:


Change “On-demand PoC Session” to “On-demand Session case” in the first sentence and also in the figure title.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		609 (595)

		2004.12.01

		UP B.1.1.1

		Editorial:


Correct the sentence:


“Figure 13 “Talk burst request procedure at PoC Session establishmen – On-demand PoC Sessiont” shows the message flow for the scenario.”


To say:


Figure 13 “Talk Burst Request procedure at PoC Session establishment – On-demand Session case” shows the message flow for the scenario.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		610 (596)

		2004.12.01

		UP B.1.1.1

		Editorial:


Change in the NOTE 1 “on-demand” to “On-demand”.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		611 (597)

		2004.12.01

		UP B.1.1.1

		Editorial:


Remove the additional “X” in the end of the first sentence after the figure 13.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		612 (598)

		2004.12.01

		UP B.1.1.1

		Editorial:


Change “to” to “towards” in the step 1.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		891

		2004.12.01

		UP B.1.1.1

		Editorial: 


Section heading say: Talk burst request procedure…Change to Talk Burst Request procedure…


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		613 (599)

		2004.12.01

		UP B.1.1.2

		Editorial:


Add word “case” in the sentence:  “Figure 14 “Talk burst request procedure at PoC Session establishment- Pre-established Session case” shows the message flow for the scenario.” 


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		614 (600)

		2004.12.01

		UP B.1.1.2

		Editorial:


Remove the additional “X” in the end of the second sentence after the figure 14.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		892

		2004.12.01

		UP B.1.1.2

		Editorial: 


Section heading say: Talk burst request procedure…Change to Talk Burst Request procedure…


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		615 (601)

		2004.12.01

		UP B.1.1.3

		Editorial:


Change in the NOTE 1 “on-demand” to “On-demand”.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		616 (602)

		2004.12.01

		UP B.1.1.3

		Editorial:


Change “toward” to “towards” in the step 1. 


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		617 (603)

		2004.12.01

		UP B.1.1.4

		Editorial:


Change in the NOTE 1 “on-demand” to “On-demand”.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		618 (604)

		2004.12.01

		UP B.1.2

		Editorial:


Change in the NOTE 1 “on-demand” to “On-demand”.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		619 (605)

		2004.12.01

		UP B.1.2

		Editorial:


Change in the text, figure and figure title words “Message” and “Lost” to lower case.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		893

		2004.12.01

		UP B.1.2

		Editorial: 


Section heading say: Talk burst Granted…Change to Talk Burst Granted…


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		620 (606)

		2004.12.01

		UP B.1.3.1

		Editorial:


Change in the subclause title, text, figure title and NOTE 1 “on-demand” to “On-demand”.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		621 (607)

		2004.12.01

		UP B.1.3.2

		Editorial:


Change in the bullet 4 “the message” to “TBCP Talk Burst Taken message”.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		894

		2004.12.01

		UP B.2

		Editorial: 


Section heading say: Talk burst idle procedure. Change to Talk Burst Idle procedure


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		895

		2004.12.01

		UP B.3

		Editorial: 


Section heading say: Talk Burst request... Change to Talk Burst Request…


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		622 (608)

		2004.12.01

		UP B.3.1

		Editorial:


Change “talk burst request” to “Talk Burst Request”.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		623 (609)

		2004.12.01

		UP B.3.1

		Editorial:


Align the note in the figure and text.  In figure there is Note 1 and in the text NOTE.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		896

		2004.12.01

		UP B.3.1

		Editorial: 


ection heading say: …talk burst request... Change to ...Talk Burst Request


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		1813

		2004.12.06

		UP B.3.2

		TB_Deny and TB_Taken need not to be sent in one packet. Please rephrase:


Change:


...message is sent in the same IP packet.


To:


...message can be sent in the same IP packet.


(OMA-POC-2004-1120)

		



		624 (610)

		2004.12.01

		UP B.3.2

		Editorial:


Change “talk burst request” to “Talk Burst Request”.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		625 (611)

		2004.12.01

		UP B.3.2

		Editorial:


Change in the bullet 5 “At the same time that …” to “At the same time, when …”


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		897

		2004.12.01

		UP B.3.2

		Editorial: 


Section heading say: Talk burst request procedure…Change to Talk Burst Request procedure…


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		626 (612)

		2004.12.01

		UP B.3.3

		Editorial:


Align the font in the sentence “The steps of the flow are as follows:”


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		627 (613)

		2004.12.01

		UP B.3.3

		Editorial:


Change in the bullets 1 and 3 “to” to “towards”.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		898

		2004.12.01

		UP B.4 

		Editorial: 


Section heading say: Talk burst revoke procedure. Change to Talk Burst Revoke procedure


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		628 (614)

		2004.12.01

		UP B.4.1

		Editorial:


Align the font in the sentence “The steps of the flow are as follows:”


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		899

		2004.12.01

		UP B.4.1

		Editorial: 


Text before numbered bullet list have wrong font. Change font to times new roman


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		629 (615)

		2004.12.01

		UP B.4.2

		Editorial:


Align the font in the sentence “The steps of the flow are as follows:”


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		630 (616)

		2004.12.01

		UP B.4.2

		Editorial:


Change in the bullet 3 “the PoC X” to “the PoC Serevr X”.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		900

		2004.12.01

		UP B.4.2

		Editorial: 


Text before numbered bullet list have wrong font. Change font to times new roman


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		631 (617)

		2004.12.01

		UP B.5

		Editorial:


Align the font in the sentences 


“The PoC User A at the PoC Client A releases the PoC button.”


and


“The steps of the flow are as follows:”


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		901

		2004.12.01

		UP B.5

		Editorial: 


Section heading say: Talk burst release procedure. Change to Talk Burst Release procedure


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		902

		2004.12.01

		UP B.5

		Editorial: 


Text before numbered bullet list have wrong font. Change font to times new roman


(OMA-POC-2004-1103)

		[2004.12.03]


Valid comment.


AI: correction assigned to UP Editor



		632 (618)

		2004.12.01

		UP B.6

		Editorial:


Change in the figure 27 the solid lines 3. RTCP RR and 4. RTCP R to dotted lines, because they are optional.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		633 (619)

		2004.12.01

		UP B.6

		Editorial:


Change in the figure 28 the solid lines 1. RTCP RR and 2. RTCP R to dotted lines, because they are optional.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		634 (620)

		2004.12.01

		UP B.7

		Editorial:


Change in the NOTE “may be” to “is”.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		1814

		2004.12.06

		UP B.8

		Figure 30: Please replace “Talk Burst Bye” → “Talk Burst Disconnect” to avoid possible misinterpretation that RTCP BYE is sent.


(OMA-POC-2004-1120)

		



		635 (621)

		2004.12.01

		UP B.8

		Editorial:


Change in the figure 30 the “Talk Burst Bye” to “Disconnect”.


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		578 (564)

		2004.12.01

		UP Cover sheet

		Editorial:


Change 


“OMA-TS_PoC-UserPlaneV1_V1_0-2004…” 


to 


“OMA-TS_PoC-UserPlaneV1_0-2004…” 


in the cover sheet and in the upper header of every page. 


(OMA-POC-2004-1101)

		[2004.12.01]


Valid comment.


AI: correction assigned to UP Editor



		2188

		2004.12.06

		UP General

		Editorial:


“Display name” should be changed to e.g. “Nick name”, because OMA PoC doesn’t specify what exactly is displayed to the user. In some circumstances the PoC Client may show a local display name, which is different from the one received over the air.


(OMA-POC-2004-1136)

		[2004.12.07]


Valid comment.


AI: correction assigned to UP Editor



		707

		2004.12.01

		UP General

		Technical:


Shall title be changed from TS_PoC-UserPlaneV1 to TS_PoC-UserPlane ?


(OMA-POC-2004-1103)
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