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1 Reason for Contribution

Current example flows are of very little use as they don’t identify the SIP and SDP parameter details and have less information than that contained in the AD as per CP-CONRR comments

	198 (196)
	2004.11.29
	CP D
	Technical:

Flows need to identify SIP and SDP parameters that are used for the information elements and clearly identify dialogs and relationship.

(OMA-POC-2004-1077)
	[2004.12.01]

Valid comment.

AI: contribution assigned to RIM. 

[2005.01.25]

Above company or contribution will provide the solution and expected to close this item in PoC#18.

	1961
	2004.12.06
	CP D
	A detailed example flow showing the bodies of the SIP messages exchanged (SDP bodies) and how the IP addresses and port numbers change needs to be added. Similarly also for the RTP, RTCP.  

(OMA-POC-2004-1129)
	[2005.01.10]

RIM will write the contribution

[2005.01.25]

Above company or contribution will provide the solution and expected to close this item in PoC#18.


2 Summary of Contribution

SIP and SDP parameter details added.
3 Detailed Proposal

Appendix D. Examples of signalling flows                          (Informative)

D.1 Ad-hoc and 1-1 PoC Session establishment On-demand Session

D.1.1 Originating flow – unconfirmed indication

The signaling sequences in this subclause show the establishment of the Ad-hoc PoC Session using on-demand signaling in the originating side. As a prerequisite for the on-demand signaling, PoC Client needs to be registered.

This flow shows the signaling sequence for the unconfirmed case. In this case PoC Server performing the Controlling PoC Function, when unconfirmed response is received from the terminating side, sends a SIP 200 "OK" response to the PoC Client. The flow is as shown in Figure D.3.1. "Ad-hoc PoC Session establishment on the originating side using on-demand signaling, unconfirmed case".
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Figure D.3.1: Ad-hoc PoC Session establishment on the originating side using on-demand signaling, unconfirmed case

Editor’s Note:  Should be added the 200 OK from the terminating network to clarify that it is not transferred to the PoC Cleint A.  

The steps of the flow are as follows:

1.  SIP INVITE request (from PoC Client A to SIP/IP core A) 

The PoC Client A sends a SIP INVITE request to the SIP/IP core A.
	Request-URI
	sip:PoCConferenceFactoryURI@networkA.net

	
	

	SIP HEADERS
	

	P-Preferred-Identity:
	"PoC User A" <sip:PoC-UserA@networkA.net>

	Accept-Contact:
	*;+g.poc.talkburst; require;explicit

	User-Agent:
	PoC-client/OMA1.0 Acme-Talk5000/v1.01

	Privacy:
	id

	Contact:
	<sip:PoC-ClientA@networkA.net>

	Supported:
	timer

	Session-Expires:
	1800;refresher=uac

	Allow:
	INVITE,ACK,CANCEL,BYE,REFER,MESSAGE,SUBSCRIBE, NOTIFY,PUBLISH

	Content-Type:
	multipart/mixed

	P-Alerting-Mode:
	MAO

	
	

	SDP PARAMETERS
	

	Content-Type:
	application/sdp



	
	

	c=
	IN IP6 5555::aaa:bbb:ccc:ddd

	m=
	audio 3456 RTP/AVP 97

	a=
	rtpmap:97 AMR

	a=
	rtcp:5560

	m=
	application 2000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2; timestamp=1

	
	

	XML MIME BODY
	

	Content-Type:
	application/resource-lists+xml



	Content-Disposition:
	recipient-list



	
	

	
	<?xml version="1.0" encoding="UTF-8"?>

   

	
	<resource-lists xmlns="urn:ietf:params:xml:ns:resource-lists"                   xmlns:xsi="http://www.w3.org/2001/XMLSchema-instance">

     <list>

       <entry uri="sip:PoC-ClientB@networkB.com" />

       <entry uri="sip:PoC-ClientC@networkC.com" />

       <entry uri="sip:PoC-ClientD@networkD.com" />

     </list>

</resource-lists>


2.  SIP 100 "Trying" response (from SIP/IP core A to PoC Client A) 

The SIP/IP core A returns a SIP 100 "Trying" response.

3.  SIP INVITE request (from SIP/IP core A to PoC Server A) 

The SIP/IP core A forwards the SIP INVITE request to the PoC Server A. 
	Request-URI
	sip:PoCConferenceFactoryURI@networkA.net

	
	

	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User A" <sip:PoC-UserA@networkA.net>

	Accept-Contact:
	*;+g.poc.talkburst; require;explicit

	User-Agent:
	PoC-client/OMA1.0 Acme-Talk5000/v1.01

	Privacy:
	id

	Contact:
	<sip:PoC-ClientA@networkA.net>

	Supported:
	timer

	Session-Expires:
	1800;refresher=uac

	Allow:
	INVITE,ACK,CANCEL,BYE,REFER,MESSAGE,SUBSCRIBE, NOTIFY,PUBLISH

	Content-Type:
	multipart/mixed

	P-Alerting-Mode:
	MAO

	
	

	SDP PARAMETERS
	

	Content-Type:
	application/sdp



	
	

	c=
	IN IP6 5555::aaa:bbb:ccc:ddd

	m=
	audio 3456 RTP/AVP 97

	a=
	rtpmap:97 AMR

	a=
	rtcp:5560

	m=
	application 2000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2; timestamp=1

	
	

	XML MIME BODY
	

	Content-Type:
	application/resource-lists+xml



	Content-Disposition:
	recipient-list



	
	

	
	<?xml version="1.0" encoding="UTF-8"?>

   

	
	<resource-lists xmlns="urn:ietf:params:xml:ns:resource-lists"                   xmlns:xsi="http://www.w3.org/2001/XMLSchema-instance">

     <list>

       <entry uri="sip:PoC-ClientB@networkB.com" />

       <entry uri="sip:PoC-ClientC@networkC.com" />

       <entry uri="sip:PoC-ClientD@networkD.com" />

     </list>

</resource-lists>


4.  SIP 100 "Trying"  response (from PoC Server A to SIP/IP core A) 

 The PoC Server A sends a SIP 100 "Trying" response to the SIP/IP core A.

5.  PoC Server A sends SIP INVITE requests towards the invited PoC Clients

 The PoC Server A sends SIP INVITE requests to the invited PoC Clients as shown in Figure D.4.2."PoC Session invitation with automatic answer".
	Request-URI
	sip:PoC-UserB@networkB.net

	
	

	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User A" <sip:PoC-UserA@networkA.net>

	Accept-Contact:
	*;+g.poc.talkburst; require;explicit

	User-Agent:
	PoC-serv/OMA1.0

	Privacy:
	id

	Contact:
	<sip:PoC-ServerA@networkA.net;session=adhoc>;isfocus

	Supported:
	100rel,timer

	Session-Expires:
	1800;refresher=uas

	Allow:
	INVITE,ACK,CANCEL,BYE,PRACK,UPDATE,REFER,MESSAGE, SUBSCRIBE, NOTIFY, PUBLISH

	P-Alerting-Mode:
	MAO

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 50555::ccc:ddd:aaa:bbb

	m=
	audio 53456 RTP/AVP 97 98

	a=
	rtpmap:97 AMR

	a=
	rtpmap:98 EVRC/8000

	a=
	rtcp:53080

	m=
	Application 50000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2; timestamp=1


Editor's Note: It is still for discussion the use of the sessiontype URI parameter.
6.   PoC Server A receieves SIP 183 "Session Progress" response
The PoC Server A receives the first SIP 183 "Session Progress" response as shown in Figure D.4.2 "PoC Session invitation with automatic answer ".
	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User B" <sip:PoC-ClientB@networkB.net>

	Server:
	PoC-serv/OMA1.0

	Contact:
	<sip:PoC-ServerB@networkB.net>

	P-Answer-State:
	Unconfirmed

	Allow:
	INVITE,ACK,CANCEL,BYE, PRACK, UPDATE, REFER,MESSAGE,SUBSCRIBE, NOTIFY,PUBLISH


7.  SIP 200 "OK"  response (from PoC Server A to SIP/IP core A)
The PoC Server A sends a SIP 200 "OK" to SIP/IP core A. (Optionally PoC Server A inserts Talk Burst granted indication into the SIP 200 "OK" response). 
	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User B" <sip:PoC-UserB@networkB.net>

	Server:
	PoC-serv/OMA1.0

	Contact
	<sip:PoC-ServerA@networkA.net;session=adhoc>; isfocus

	Require:
	timer

	Session-Expires:
	1800;refresher=uac

	P-Answer-State:
	Unconfirmed

	Allow:
	INVITE,ACK,CANCEL,BYE, PRACK, UPDATE, REFER,MESSAGE,SUBSCRIBE, NOTIFY,PUBLISH

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 57777::eee:fff:aaa:bbb

	m=
	audio 57787 RTP/AVP 97

	a=
	rtpmap:97 AMR

	a=
	rtcp:57000

	m=
	application 57790 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2; timestamp=1


Editor's Note: It is still for discussion the use of the sessiontype URI parameter.
8.  SIP 200 "OK" response (from SIP/IP core A to PoC Client A) 

The SIP/IP core A forwards the 200 "OK" response to PoC Client A
	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User B" <sip:PoC-ClientB@networkB.net>

	Server:
	PoC-serv/OMA1.0

	Contact
	<sip:PoC-ServerA@networkA.net;session=adhoc>; isfocus

	Require:
	timer

	Session-Expires:
	1800;refresher=uac

	P-Answer-State:
	Unconfirmed

	Allow:
	INVITE,ACK,CANCEL,BYE, PRACK, UPDATE, REFER,MESSAGE,SUBSCRIBE, NOTIFY,PUBLISH

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 57777::eee:fff:aaa:bbb

	m=
	audio 57787 RTP/AVP 97

	a=
	rtpmap:97 AMR

	a=
	rtcp:57000

	m=
	application 57790 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2; timestamp=1


9.  SIP ACK request (from PoC Client A to SIP/IP core A) 

The PoC Client A sends a SIP ACK request to SIP/IP core A
10.  SIP ACK request (from SIP/IP core A to PoC Server A)
The SIP/IP core A forwards the SIP ACK request to PoC Server A
101.  TBCP Talk Burst Granted (PoC Server A to PoC Client A) 

The PoC Server A sends TBCP Talk Burst Granted message to PoC Client A. This happens same time as step 7.

102.  PoC Client sends Media to PoC Server A

The PoC Client A sends RTP media packets to PoC Server A

D.1.2 Originating flow – Confirmed Indication with manual answer

The signaling sequences in this subclause show the establishment of the 1-1 PoC Session using on-demand signaling in the originating side. As a prerequisite for the on-demand signaling, PoC Client needs to be registered.

This flow shows the signaling sequence for the Confirmed indication case when the terminating side answers manually. The flow is as shown in Figure D.3.2. "Ad-hoc PoC Session establishment on the originating side using on-demand signaling, confirmed case".
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Figure D.3.2: Ad-hoc PoC Session establishment on the originating side using on-demand signaling, confirmed case manual answer
The steps of the flow are as follows:

       1.  SIP INVITE request (from PoC Client A to SIP/IP core A) 

The PoC Client A sends a SIP INVITE request to SIP/IP core A. 
	Request-URI
	sip:PoCConferenceFactoryURI@networkA.net

	
	

	SIP HEADERS
	

	P-Preferred-Identity:
	"PoC User A" <sip:PoC-UserA@networkA.net>

	Accept-Contact:
	*;+g.poc.talkburst; require;explicit

	User-Agent:
	PoC-client/OMA1.0 Acme-Talk5000/v1.01

	Privacy:
	id

	Contact:
	<sip:PoC-ClientA@networkA.net>

	Supported:
	timer

	Session-Expires:
	1800;refresher=uac

	Allow:
	INVITE,ACK,CANCEL,BYE,REFER,MESSAGE,SUBSCRIBE, NOTIFY,PUBLISH

	Content-Type:
	multipart/mixed

	
	

	SDP PARAMETERS
	

	Content-Type:
	application/sdp



	
	

	c=
	IN IP6 5555::aaa:bbb:ccc:ddd

	m=
	audio 3456 RTP/AVP 97

	a=
	rtpmap:97 AMR

	a=
	rtcp:5560

	m=
	application 2000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2; timestamp=1

	
	

	XML MIME BODY
	

	Content-Type:
	application/resource-lists+xml



	Content-Disposition:
	recipient-list



	
	

	
	<?xml version="1.0" encoding="UTF-8"?>

   

	
	<resource-lists xmlns="urn:ietf:params:xml:ns:resource-lists"                   xmlns:xsi="http://www.w3.org/2001/XMLSchema-instance">

     <list>

       <entry uri="sip:PoC-ClientB@networkB.com" />

     </list>

</resource-lists>


2.  SIP 100 "Trying" response (from SIP/IP core A to PoC Client A) 

The SIP/IP core A sends a SIP 100 "Trying" response to PoC Client A. 

3.  SIP INVITE request (from SIP/IP core A to PoC Server A) 

The SIP/IP core A forwards the SIP INVITE request to the PoC Server A. 
	Request-URI
	sip:PoCConferenceFactoryURI@networkA.net

	
	

	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User A" <sip:PoC-UserA@networkA.net>

	Accept-Contact:
	*;+g.poc.talkburst; require;explicit

	User-Agent:
	PoC-client/OMA1.0 Acme-Talk5000/v1.01

	Privacy:
	id

	Contact:
	<sip:PoC-ClientA@networkA.net>

	Supported:
	timer

	Session-Expires:
	1800;refresher=uac

	Allow:
	INVITE,ACK,CANCEL,BYE,REFER,MESSAGE,SUBSCRIBE, NOTIFY,PUBLISH

	Content-Type:
	multipart/mixed

	
	

	SDP PARAMETERS
	

	Content-Type:
	application/sdp



	
	

	c=
	IN IP6 5555::aaa:bbb:ccc:ddd

	m=
	audio 3456 RTP/AVP 97

	a=
	rtpmap:97 AMR

	a=
	rtcp:5560

	m=
	application 2000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2; timestamp=1

	
	

	XML MIME BODY
	

	Content-Type:
	application/resource-lists+xml



	Content-Disposition:
	recipient-list



	
	

	
	<?xml version="1.0" encoding="UTF-8"?>

   

	
	<resource-lists xmlns="urn:ietf:params:xml:ns:resource-lists"                   xmlns:xsi="http://www.w3.org/2001/XMLSchema-instance">

     <list>

       <entry uri="sip:PoC-ClientB@networkB.com" />

     </list>

</resource-lists>


4.  SIP 100 "Trying"  response (from PoC Server A to SIP/IP core A) 

The PoC Server A sends a SIP 100 "Trying" response to the SIP/IP core A. 

5.  PoC Server A sends SIP INVITE requests towards the invited PoC Clients

The PoC Server A sends SIP INVITE requests to the invited PoC Clients as shown in Figure D.4.1.1. 
	Request-URI
	sip:PoC-UserB@networkB.net

	
	

	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User A" <sip:PoC-UserA@networkA.net>

	Accept-Contact:
	*;+g.poc.talkburst; require;explicit

	User-Agent:
	PoC-serv/OMA1.0

	Privacy:
	id

	Contact:
	<sip:PoC-ServerA@networkA.net;session=1-1>;isfocus

	Supported:
	100rel,timer

	Session-Expires:
	1800;refresher=uas

	Allow:
	INVITE,ACK,CANCEL,BYE,PRACK,UPDATE,REFER,MESSAGE, SUBSCRIBE, NOTIFY, PUBLISH

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 50555::ccc:ddd:aaa:bbb

	m=
	audio 53456 RTP/AVP 97 98

	a=
	rtpmap:97 AMR

	a=
	rtpmap:98 EVRC/8000

	a=
	rtcp:53080

	m=
	Application 50000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2; timestamp=1


Editor's Note: It is still for discussion the use of the sessiontype URI parameter.
6.   PoC Server A receieves SIP 180 "Ringing" response
The PoC Server A receives the first SIP 180 "Ringing" response as shown in Figure D.4.1.2. 
	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User B" <sip:PoC-UserB@networkB.net>

	Privacy:
	id

	Server:
	PoC-serv/OMA1.0

	Contact:
	<sip:PoC-ServerB@networkB.net>

	Allow:
	INVITE,ACK,CANCEL,BYE,PRACK,UPDATE,REFER,MESSAGE,SUBSCRIBE, NOTIFY,PUBLISH


7.  SIP 180 "Ringing"  response (from PoC Server A to SIP/IP core A)
The PoC Server A sends the SIP 180 "Ringing" response to the SIP/IP core A. 
	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User B" <sip:PoC-UserB@networkB.net>

	Privacy:
	id

	Server:
	PoC-serv/OMA1.0

	Contact:
	<sip:PoC-ServerA@networkA.net>

	Allow:
	INVITE,ACK,CANCEL,BYE,PRACK,UPDATE, REFER,MESSAGE,SUBSCRIBE, NOTIFY,PUBLISH


8.  SIP 180 "Ringing" response (from SIP/IP core A to PoC Client A) 

The SIP/IP core A forwards the SIP 180 "Ringing" response to PoC Client A. 
	SIP HEADERS
	

	Server:
	PoC-serv/OMA1.0

	Contact:
	<sip:PoC-ServerA@networkA.net>

	Allow:
	INVITE,ACK,CANCEL,BYE,PRACK,UPDATE,REFER,MESSAGE,SUBSCRIBE, NOTIFY,PUBLISH


9.   PoC Server A receives SIP 200 "OK" response
The first SIP 200 "OK" response is received from the terminating PoC network 
	SIP HEADERS
	

	Require:
	timer

	Session-Expires:
	1800;refresher=uac

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 99055::fff:aaa:eee:bbb

	m=
	audio 99006 RTP/AVP 97

	a=
	rtpmap:97 AMR

	a=
	rtcp:90000

	m=
	application 90000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2;timestamp=1


Editor's Note: It is still for discussion the use of the sessiontype URI parameter.
10.  SIP 200 "OK"  response (from PoC Server A to SIP/IP core A)
The PoC Server A sends a SIP 200 "OK" response to SIP/IP core A. (Optionally PoC Server A inserts TBCP Granted indication into the SIP 200 "OK" response). 
	SIP HEADERS
	

	Require:
	timer

	Session-Expires:
	1800;refresher=uac

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 57777::eee:fff:aaa:bbb

	m=
	audio 57787 RTP/AVP 97

	a=
	rtpmap:97 AMR

	a=
	rtcp:57000

	m=
	application 57790 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2; timestamp=1


11.  SIP 200 "OK" response (from SIP/IP core A to PoC Client A) 

The SIP/IP core A forwards the SIP 200 "OK" response to PoC Client A. 
	SIP HEADERS
	

	Require:
	timer

	Session-Expires:
	1800;refresher=uac

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 57777::eee:fff:aaa:bbb

	m=
	audio 57787 RTP/AVP 97

	a=
	rtpmap:97 AMR

	a=
	rtcp:57000

	m=
	application 57790 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2; timestamp=1


Editor's Note: It is still for discussion the use of the sessiontype URI parameter.
12.  SIP ACK request (from PoC Client A to SIP/IP core A) 

The PoC Client A sends a SIP ACK request to SIP/IP core A. 
13.  SIP ACK request (from SIP/IP core A to PoC Server A)
The SIP/IP core A forwards the SIP ACK request to PoC Server A
101.  TBCP Talk Burst Granted (PoC Server A to PoC Client A) 

The PoC Server A sends TBCP Talk Burst Granted message to PoC Client A. This happens same time is as step 10. 

102.  PoC Client sends Media to PoC Server A 

The PoC Client A sends RTP media packets to PoC Server A

D.2 Ad-hoc and 1-1 PoC Session establishment On-demand Session

D.2.1 Terminating flow – Manual Answer

The signaling sequences in this subclause show the establishment of the Ad-hoc or 1-1 PoC Session using on-demand signaling in the originating side. As a prerequisite for the on-demand signaling, PoC Client needs to be registered.

This flow shows the signaling sequence for the manual answer case. The flow is as shown in Figure D.4.1. "PoC Session invitation with manual answer".
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Figure D.4.1: PoC Session invitation with manual answer

The steps of the flow are as follows: 

1.  PoC Server X receives invitation to invite PoC Client B 

PoC Server X receives Session Invitation to send SIP INVITE request to PoC Client B.

2.  SIP INVITE request (from PoC Server X to SIP/IP core X) 

PoC Server X sends SIP INVITE request to SIP/IP X. 
	Request-URI
	sip:PoC-UserB@networkB.net

	
	

	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User A" <sip:PoC-UserA@networkA.net>

	Accept-Contact:
	*;+g.poc.talkburst; require;explicit

	User-Agent:
	PoC-serv/OMA1.0

	Privacy:
	id

	Contact:
	<sip:PoC-ServerX@networkX.net;session=1-1>; isfocus

	Supported:
	100rel,timer

	Session-Expires:
	1800;refresher=uas

	Allow:
	INVITE,ACK,CANCEL,BYE,PRACK,UPDATE,REFER,MESSAGE, SUBSCRIBE, NOTIFY, PUBLISH

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 50555::ccc:ddd:aaa:bbb

	m=
	audio 53456 RTP/AVP 97 98

	a=
	rtpmap:97 AMR

	a=
	rtpmap:98 EVRC/8000

	a=
	rtcp:53080

	m=
	Application 50000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2; timestamp=1


Editor's Note: It is still for discussion the use of the sessiontype URI parameter.
3.  SIP 100 "Trying" response (from SIP/IP core X to PoC Server X) 
SIP/IP core X sends a SIP 100 "Trying" response to PoC Server X. 

4.  SIP INVITE request (from SIP/IP core X to SIP/IP core B) 
SIP/IP core X forwards the SIP INVITE request to SIP/IP core B. 
	Request-URI
	sip:PoC-UserB@networkB.net

	
	

	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User A" <sip:PoC-UserA@networkA.net>

	Accept-Contact:
	*;+g.poc.talkburst; require;explicit

	User-Agent:
	PoC-serv/OMA1.0

	Privacy:
	id

	Contact:
	<sip:PoC-ServerX@networkX.net;session=1-1>;isfocus

	Supported:
	100rel,timer

	Session-Expires:
	1800;refresher=uas

	Allow:
	INVITE,ACK,CANCEL,BYE,PRACK,UPDATE,REFER,MESSAGE, SUBSCRIBE, NOTIFY, PUBLISH

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 50555::ccc:ddd:aaa:bbb

	m=
	audio 53456 RTP/AVP 97 98

	a=
	rtpmap:97 AMR

	a=
	rtpmap:98 EVRC/8000

	a=
	rtcp:53080

	m=
	Application 50000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2; timestamp=1


Editor's Note: It is still for discussion the use of the sessiontype URI parameter.
5.  SIP 100 "Trying" response (from SIP/IP core B to SIP/IP core X) 
SIP/IP core B sends SIP 100 "Trying" response to SIP/IP core X.

6.  SIP INVITE request (from SIP/IP core B to PoC Server B) 
SIP/IP core B forwards SIP INVITE request to PoC Server B. 
	Request-URI
	sip:PoC-UserB@networkB.net

	
	

	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User A" <sip:PoC-UserA@networkA.net>

	Accept-Contact:
	*;+g.poc.talkburst; require;explicit

	User-Agent:
	PoC-serv/OMA1.0

	Privacy:
	id

	Contact:
	<sip:PoC-ServerX@networkX.net;session=1-1>;isfocus

	Supported:
	100rel,timer

	Session-Expires:
	1800;refresher=uas

	Allow:
	INVITE,ACK,CANCEL,BYE,PRACK,UPDATE,REFER,MESSAGE, SUBSCRIBE, NOTIFY, PUBLISH

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 50555::ccc:ddd:aaa:bbb

	m=
	audio 53456 RTP/AVP 97 98

	a=
	rtpmap:97 AMR

	a=
	rtpmap:98 EVRC/8000

	a=
	rtcp:53080

	m=
	Application 50000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2; timestamp=1


Editor's Note: It is still for discussion the use of the sessiontype URI parameter.
7.  SIP 100 "Trying" response (from PoC Server B to SIP/IP core B) 
PoC Server B sends a SIP 100 "Trying" response to SIP/IP core B.

       8.  SIP INVITE request (from PoC Server B to SIP/IP core B) 
PoC Server B sends a SIP INVITE request to SIP/IP core B. 
	Request-URI
	sip:PoC-UserB@networkB.net

	
	

	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User A" <sip:PoC-UserA@networkA.net>

	Accept-Contact:
	*;+g.poc.talkburst; require;explicit

	User-Agent:
	PoC-serv/OMA1.0

	Privacy:
	id

	Contact:
	<sip:PoC-ServerX@PoC_ServerB.networkB.net;session=1-1>

	Supported:
	timer

	Session-Expires:
	1800;refresher=uas

	P-Alerting-Mode:
	Manual

	Allow:
	INVITE,ACK,CANCEL,BYE,PRACK,UPDATE,REFER,MESSAGE, SUBSCRIBE, NOTIFY, PUBLISH

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 60333::ddd: ccc:aaa:bbb

	m=
	audio 63776 RTP/AVP 98

	a=
	rtpmap:98 EVRC/8000

	a=
	rtcp:63090

	m=
	Application 60000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2; timestamp=1


Editor's Note: It is still for discussion the use of the sessiontype URI parameter.
9.  SIP 100 "Trying" response (from SIP/IP core B to PoC Server B) 
SIP/IP core B sends a SIP 100 "Trying" response to PoC Server B. 

       10.  SIP INVITE request (from SIP/IP core B to PoC Client B) 
SIP/IP core B forwards the SIP INVITE request to PoC Client B. 
	Request-URI
	sip:PoC-UserB@networkB.net

	
	

	SIP HEADERS
	

	Accept-Contact:
	*;+g.poc.talkburst; require;explicit

	User-Agent:
	PoC-serv/OMA1.0

	Contact:
	<sip:PoC-ServerX@PoC_ServerB.networkB.net;session=1-1>

	Supported:
	timer

	Session-Expires:
	1800;refresher=uas

	P-Alerting-Mode:
	Manual

	Allow:
	INVITE,ACK,CANCEL,BYE,PRACK,UPDATE,REFER,MESSAGE, SUBSCRIBE, NOTIFY, PUBLISH

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 60333::ddd: ccc:aaa:bbb

	m=
	audio 63776 RTP/AVP 98

	a=
	rtpmap:98 EVRC/8000

	a=
	rtcp:63090

	m=
	Application 60000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2; timestamp=1


Editor's Note: It is still for discussion the use of the sessiontype URI parameter.
11.  SIP 180 "Ringing"  response (from PoC Client B to SIP/IP core B)
PoC Client B sends a SIP 180 "Ringing" response to SIP/IP core B. 
	SIP HEADERS
	

	Privacy:
	id

	Server:
	PoC-client/OMA1.0 Acme-Talk5000/v1.01

	Contact:
	<sip:PoC-ClientB@networkB.net>

	Allow:
	INVITE,ACK,CANCEL,BYE,REFER,MESSAGE,SUBSCRIBE, NOTIFY,PUBLISH


12.  SIP 180 "Ringing"  response (from SIP/IP core B to PoC Server B)
SIP/IP core B forwards the SIP 180 "Ringing" response to PoC Server B. 
	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User B" <sip:PoC-UserB@networkB.net>

	Privacy:
	id

	Server:
	PoC-client/OMA1.0 Acme-Talk5000/v1.01

	Contact:
	<sip:PoC-ClientB@networkB.net>

	Allow:
	INVITE,ACK,CANCEL,BYE,REFER,MESSAGE,SUBSCRIBE, NOTIFY,PUBLISH


13.  SIP 180 "Ringing"  response (from PoC Server B to SIP/IP core B) 

PoC Server B sends a SIP 180 "Ringing" response to SIP/IP core B. 
	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User B" <sip:PoC-UserB@networkB.net>

	Privacy:
	id

	Server:
	PoC-serv/OMA1.0

	Contact:
	<sip:PoC-ServerB@networkB.net>

	Allow:
	INVITE,ACK,CANCEL,BYE,REFER,PRACK, UPDATE, MESSAGE,SUBSCRIBE, NOTIFY,PUBLISH


14.  SIP 180 "Ringing"  response (from SIP/IP core B to SIP/IP core X)
SIP/IP core B forwards the SIP 180 "Ringing" response to SIP/IP core X. 
	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User B" <sip:PoC-UserB@networkB.net>

	Privacy:
	id

	Server:
	PoC-serv/OMA1.0

	Contact:
	<sip:PoC-ServerB@networkB.net>

	Allow:
	INVITE,ACK,CANCEL,BYE, PRACK, UPDATE, REFER,MESSAGE,SUBSCRIBE, NOTIFY,PUBLISH


15.  SIP 180 "Ringing"  response (from SIP/IP core X to PoC Server X)
SIP/IP core X forwards the SIP 180 "Ringing" response to PoC Server X. 
	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User B" <sip:PoC-UserB@networkB.net>

	Privacy:
	id

	Server:
	PoC-serv/OMA1.0

	Contact:
	<sip:PoC-ServerB@networkB.net>

	Allow:
	INVITE,ACK,CANCEL,BYE, PRACK, UPDATE, REFER,MESSAGE,SUBSCRIBE, NOTIFY,PUBLISH


16.  SIP 200 "OK"  response (from PoC Client B to SIP/IP core B)
PoC Client B sends a SIP 200 "OK" response to SIP/IP core B. 
	SIP HEADERS
	

	Require:
	timer

	Session-Expires:
	1800;refresher=uas

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 75555::eee:aaa:fff:bbb

	m=
	audio 75575 RTP/AVP 98

	a=
	rtpmap:98 EVRC/8000

	a=
	rtcp:75000

	m=
	application 75590 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2;timestamp=1


17.  SIP 200 "OK"  response (from SIP/IP core B to PoC Server B) 

SIP/IP core B forwards the SIP 200 "OK" response to PoC Server B. 
	SIP HEADERS
	

	Require:
	timer

	Session-Expires:
	1800;refresher=uas

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 75555::eee:aaa:fff:bbb

	m=
	audio 75575 RTP/AVP 98

	a=
	rtpmap:98 EVRC/8000

	a=
	rtcp:75000

	m=
	application 75590 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2;timestamp=1


18.  SIP 200 "OK"  response (from PoC Server B to SIP/IP core B) 

PoC Server B sends a SIP 200 "OK" response to SIP/IP core B. 
	SIP HEADERS
	

	Require:
	timer

	Session-Expires:
	1800;refresher=uas

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 99055::fff:aaa:eee:bbb

	m=
	audio 99006 RTP/AVP 98

	a=
	rtpmap:98 EVRC/8000

	a=
	rtcp:90000

	m=
	application 90000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2;timestamp=1


19.  SIP 200 "OK"  response (from SIP/IP core B to SIP/IP core X)
SIP/IP core B forwards the SIP 200 "OK" response to SIP/IP core X. 
	SIP HEADERS
	

	Require:
	timer

	Session-Expires:
	1800;refresher=uas

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 99055::fff:aaa:eee:bbb

	m=
	audio 99006 RTP/AVP 98

	a=
	rtpmap:98 EVRC/8000

	a=
	rtcp:90000

	m=
	application 90000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2;timestamp=1


20.  SIP 200 "OK"  response (from SIP/IP core X to PoC Server X)
SIP/IP core X forwards the SIP 200 "OK" response to PoC Server X. 
	SIP HEADERS
	

	Require:
	timer

	Session-Expires:
	1800;refresher=uas

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 99055::fff:aaa:eee:bbb

	m=
	audio 99006 RTP/AVP 98

	a=
	rtpmap:98 EVRC/8000

	a=
	rtcp:90000

	m=
	application 90000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2;timestamp=1


21.  SIP ACK request (from PoC Server X to SIP/IP core X) 

PoC Server X sends a SIP ACK request to SIP/IP core X. 
22.  SIP ACK request (from SIP/IP core X to SIP/IP core B) 

SIP/IP core X forwards the SIP ACK request to SIP/IP core B. 
23.  SIP ACK request (from SIP/IP core B to PoC Server B) 

SIP/IP core B forwards the  SIP ACK request to PoC Server B. 
24.  SIP ACK request (from PoC Server B to SIP/IP core B) 

PoC Server B sends a SIP ACK request to SIP/IP core B. 
25.  SIP ACK request (from SIP/IP core B to PoC Client B) 

SIP/IP core B forwards the  SIP ACK request to PoC Client B. 
D.2.2 Terminating flow – Automatic Answer

This flow shows the automatic answer case. The flows is as shown in Figure D.4.2. "PoC Session invitation with automatic answer".
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Figure D.4. 2: PoC Session invitation with automatic answer

The steps of the flow are as follows:

1.  PoC Server X receives invitation to invite PoC Client B 

PoC Server X receives Session Invitation to send SIP INVITE request to PoC Client B.

2.  SIP INVITE request (from PoC Server X to SIP/IP core X) 

PoC Server X sends SIP INVITE request to SIP/IP X. 
	Request-URI
	sip:PoC-UserB@networkB.net

	
	

	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User A" <sip:PoC-UserA@networkA.net>

	Accept-Contact:
	*;+g.poc.talkburst; require;explicit

	User-Agent:
	PoC-serv/OMA1.0

	Privacy:
	id

	Contact:
	<sip:PoC-ServerX@networkX.net;session=1-1>;isfocus

	Supported:
	100rel,timer

	Session-Expires:
	1800;refresher=uas

	Allow:
	INVITE,ACK,CANCEL,BYE,PRACK,UPDATE,REFER,MESSAGE, SUBSCRIBE, NOTIFY, PUBLISH

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 50555::ccc:ddd:aaa:bbb

	m=
	audio 53456 RTP/AVP 97 98

	a=
	rtpmap:97 AMR

	a=
	rtpmap:98 EVRC/8000

	a=
	rtcp:53080

	m=
	Application 50000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2; timestamp=1


Editor's Note: It is still for discussion the use of the sessiontype URI parameter.
3.  SIP 100 "Trying" response (from SIP/IP core X to PoC Server X) 
SIP/IP core X sends a SIP 100 "Trying" response to PoC Server X. 

4.  SIP INVITE request (from SIP/IP core X to SIP/IP core B) 
SIP/IP core X forwards the SIP INVITE request to SIP/IP core B. 
	Request-URI
	sip:PoC-UserB@networkB.net

	
	

	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User A" <sip:PoC-UserA@networkA.net>

	Accept-Contact:
	*;+g.poc.talkburst; require;explicit

	User-Agent:
	PoC-serv/OMA1.0

	Privacy:
	id

	Contact:
	<sip:PoC-ServerX@networkX.net;session=1-1>;isfocus

	Supported:
	100rel,timer

	Session-Expires:
	1800;refresher=uas

	Allow:
	INVITE,ACK,CANCEL,BYE,PRACK,UPDATE,REFER,MESSAGE, SUBSCRIBE, NOTIFY, PUBLISH

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 50555::ccc:ddd:aaa:bbb

	m=
	audio 53456 RTP/AVP 97 98

	a=
	rtpmap:97 AMR

	a=
	rtpmap:98 EVRC/8000

	a=
	rtcp:53080

	m=
	Application 50000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2; timestamp=1


Editor's Note: It is still for discussion the use of the sessiontype URI parameter.
5.  SIP 100 "Trying" response (from SIP/IP core B to SIP/IP core X) 
SIP/IP core B sends SIP 100 "Trying" response to SIP/IP core X.

6.  SIP INVITE request (from SIP/IP core B to PoC Server B) 
SIP/IP core B forwards SIP INVITE request to PoC Server B. 
	Request-URI
	sip:PoC-UserB@networkB.net

	
	

	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User A" <sip:PoC-UserA@networkA.net>

	Accept-Contact:
	*;+g.poc.talkburst; require;explicit

	User-Agent:
	PoC-serv/OMA1.0

	Privacy:
	id

	Contact:
	<sip:PoC-ServerX@networkX.net;session=1-1>;isfocus

	Supported:
	100rel,timer

	Session-Expires:
	1800;refresher=uas

	Allow:
	INVITE,ACK,CANCEL,BYE,PRACK,UPDATE,REFER,MESSAGE, SUBSCRIBE, NOTIFY, PUBLISH

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 50555::ccc:ddd:aaa:bbb

	m=
	audio 53456 RTP/AVP 97 98

	a=
	rtpmap:97 AMR

	a=
	rtpmap:98 EVRC/8000

	a=
	rtcp:53080

	m=
	Application 50000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2; timestamp=1


Editor's Note: It is still for discussion the use of the sessiontype URI parameter.
7.  SIP 100 "Trying" response (from PoC Server B to SIP/IP core B) 
PoC Server B sends a SIP 100 "Trying" response to SIP/IP core B.

       8.  SIP INVITE request (from PoC Server B to SIP/IP core B) 
PoC Server B sends a SIP INVITE request to SIP/IP core B. 
	Request-URI
	sip:PoC-UserB@networkB.net

	
	

	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User A" <sip:PoC-UserA@networkA.net>

	Accept-Contact:
	*;+g.poc.talkburst; require;explicit

	User-Agent:
	PoC-serv/OMA1.0

	Privacy:
	id

	Contact:
	<sip:PoC-ServerX@PoC_ServerB.networkB.net;session=1-1>

	Supported:
	timer

	Session-Expires:
	1800;refresher=uas

	P-Alerting-Mode:
	Auto

	Allow:
	INVITE,ACK,CANCEL,BYE,PRACK,UPDATE,REFER,MESSAGE, SUBSCRIBE, NOTIFY, PUBLISH

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 60333::ddd: ccc:aaa:bbb

	m=
	audio 63776 RTP/AVP 98

	a=
	rtpmap:98 EVRC/8000

	a=
	rtcp:63090

	m=
	Application 60000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2; timestamp=1


Editor's Note: It is still for discussion the use of the sessiontype URI parameter.
9.  SIP 100 "Trying" response (from SIP/IP core B to PoC Server B) 
SIP/IP core B sends a SIP 100 "Trying" response to PoC Server B. 

       10.  SIP INVITE request (from SIP/IP core B to PoC Client B) 
SIP/IP core B forwards the SIP INVITE request to PoC Client B. 
	Request-URI
	sip:PoC-UserB@networkB.net

	
	

	SIP HEADERS
	

	Accept-Contact:
	*;+g.poc.talkburst; require;explicit

	User-Agent:
	PoC-serv/OMA1.0

	Privacy:
	id

	Contact:
	<sip:PoC-ServerX@PoC_ServerB.networkB.net;session=1-1>

	Supported:
	timer

	Session-Expires:
	1800;refresher=uas

	P-Alerting-Mode:
	Auto

	Allow:
	INVITE,ACK,CANCEL,BYE,PRACK,UPDATE,REFER,MESSAGE, SUBSCRIBE, NOTIFY, PUBLISH

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 60333::ddd: ccc:aaa:bbb

	m=
	audio 63776 RTP/AVP 98

	a=
	rtpmap:98 EVRC/8000

	a=
	rtcp:63090

	m=
	Application 60000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2; timestamp=1


Editor's Note: It is still for discussion the use of the sessiontype URI parameter.
11.  SIP 183 "Session Progress"  response (from PoC Server B to SIP/IP core B)
PoC Server B sends a SIP 183 "Session Progress" response to SIP/IP core B. 
	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User B" <sip:PoC-UserB@networkB.net>

	Privacy:
	id

	Require:
	100rel

	Server:
	PoC-Serv/OMA1.0 

	Contact:
	<sip:PoC-ServerB@networkB.net>

	P-Answer-State:
	Unconfirmed

	Allow:
	INVITE,ACK,CANCEL,BYE, PRACK, UPDATE, REFER,MESSAGE,SUBSCRIBE, NOTIFY,PUBLISH


12.  SIP 183 "Session Progress"  response (from SIP/IP core B to SIP/IP core X) 

SIP/IP core B forwards the SIP 180 "Session Progress" response to SIP/IP core X. 
	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User B" <sip:PoC-UserB@networkB.net>

	Privacy:
	id

	Require:
	100rel

	Server:
	PoC-Serv/OMA1.0

	Contact:
	<sip:PoC-ServerB@networkB.net>

	P-Answer-State:
	Unconfirmed

	Allow:
	INVITE,ACK,CANCEL,BYE, PRACK, UPDATE, REFER,MESSAGE,SUBSCRIBE, NOTIFY,PUBLISH


13.  SIP 183 "Session Progress"  response (from SIP/IP core X to PoC Server X) 

SIP/IP core X forwards the SIP 183 "Session Progress" response to PoC Server X. 
	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User B" <sip:PoC-UserB@networkB.net>

	Privacy:
	id

	Require:
	100rel

	Server:
	PoC-Serv/OMA1.0 

	Contact:
	<sip:PoC-ServerB@networkB.net>

	P-Answer-State:
	Unconfirmed

	Allow:
	INVITE,ACK,CANCEL,BYE, PRACK, UPDATE, REFER,MESSAGE,SUBSCRIBE, NOTIFY,PUBLISH


14.  SIP PRACK request (from PoC Server X to SIP/IP core X) 

If PoC Server B requested SIP 183 "Session progress" response to be sent reliably, PoC Server X sends a SIP PRACK request to the  SIP/IP core X. 
	Request-URI
	sip:PoC-ServerB@networkB.net

	
	


15.  SIP PRACK request (from SIP/IP core X to SIP/IP core B) 
SIP/IP core X forwards the SIP PRACK request to SIP/IP core B. 
	Request-URI
	sip:PoC-ServerB@networkB.net

	
	


16.  SIP PRACK request (from SIP/IP core B to PoC Server B) 
SIP/IP core B forwards SIP PRACK request to PoC Server B. 
	Request-URI
	sip:PoC-ServerB@networkB.net

	
	


17.  SIP 200 "OK"  response (from PoC Server B to SIP/IP core B) 

PoC Server B sends a SIP 200 "OK" response to SIP/IP core B. 
18.  SIP 200 "OK"  response (from SIP/IP core B to SIP/IP core X)
SIP/IP core B forwards the SIP 200 "OK" response to SIP/IP core X. 
19.  SIP 200 "OK"  response (from SIP/IP core X to PoC Server X)
SIP/IP core X forwards the SIP 200 "OK" response to PoC Server X. 
20.  SIP 200 "OK"  response (from PoC Client B to SIP/IP core B)
PoC Client B sends a SIP 200 "OK" response to SIP/IP core B. 
	SIP HEADERS
	

	Privacy:
	id

	Server:
	PoC-client/OMA1.0 Acme-Talk5000/v1.01

	Contact
	<sip:PoC-ClientB@networkB.net >

	Require:
	timer

	Session-Expires:
	1800;refresher=uas

	Allow:
	INVITE,ACK,CANCEL,BYE,REFER,MESSAGE, SUBSCRIBE, NOTIFY, PUBLISH

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 75555::eee:aaa:fff:bbb

	m=
	audio 75575 RTP/AVP 98

	a=
	rtpmap:98 EVRC/8000

	a=
	rtcp:75000

	m=
	application 75590 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2;timestamp=1


21.  SIP 200 "OK"  response (from SIP/IP core B to PoC Server B) 

SIP/IP core B forwards the SIP 200 "OK" response to PoC Server B. 
	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User B" <sip:PoC-UserB@networkB.net>

	Privacy:
	id

	Server:
	PoC-client/OMA1.0 Acme-Talk5000/v1.01

	Contact
	<sip:PoC-ClientB@networkB.net >

	Require:
	timer

	Session-Expires:
	1800;refresher=uas

	Allow:
	INVITE,ACK,CANCEL,BYE,REFER,MESSAGE, SUBSCRIBE, NOTIFY, PUBLISH

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 75555::eee:aaa:fff:bbb

	m=
	audio 75575 RTP/AVP 98

	a=
	rtpmap:98 EVRC/8000

	a=
	rtcp:75000

	m=
	application 75590 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2;timestamp=1


22.  SIP 200 "OK"  response (from PoC Server B to SIP/IP core B) 

PoC Server B sends a SIP 200 "OK" response to SIP/IP core B. 
	SIP HEADERS
	

	Require:
	timer

	Session-Expires:
	1800;refresher=uas

	P-Answer-State:
	Confirmed

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 99055::fff:aaa:eee:bbb

	m=
	audio 99006 RTP/AVP 98

	a=
	rtpmap:98 EVRC/8000

	a=
	rtcp:90000

	m=
	application 90000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2;timestamp=1


23.  SIP 200 "OK"  response (from SIP/IP core B to SIP/IP core X)
SIP/IP core B forwards the SIP 200 "OK" response to SIP/IP core X. 
	SIP HEADERS
	

	Require:
	timer

	Session-Expires:
	1800;refresher=uas

	P-Answer-State:
	Confirmed

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 99055::fff:aaa:eee:bbb

	m=
	audio 99006 RTP/AVP 98

	a=
	rtpmap:98 EVRC/8000

	a=
	rtcp:90000

	m=
	application 90000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2;timestamp=1


24.  SIP 200 "OK"  response (from SIP/IP core X to PoC Server X)
SIP/IP core X forwards the SIP 200 "OK" response to PoC Server X. 
	SIP HEADERS
	

	Require:
	timer

	Session-Expires:
	1800;refresher=uas

	P-Answer-State:
	Confirmed

	
	

	SDP PARAMETERS
	

	c=
	IN IP6 99055::fff:aaa:eee:bbb

	m=
	audio 99006 RTP/AVP 98

	a=
	rtpmap:98 EVRC/8000

	a=
	rtcp:90000

	m=
	application 90000 udp TBCP

	a=
	fmtp:TBCP queuing=1; tb_priority=2;timestamp=1


25.  SIP ACK request (from PoC Server X to SIP/IP core X) 

PoC Server X sends a SIP ACK request to SIP/IP core X. 
26.  SIP ACK request (from SIP/IP core X to SIP/IP core B) 

SIP/IP core X forwards the SIP ACK request to SIP/IP core B. 
27.  SIP ACK request (from SIP/IP core B to PoC Server B) 

SIP/IP core B forwards the  SIP ACK request to PoC Server B. 
28.  SIP ACK request (from PoC Server B to SIP/IP core B) 

PoC Server B sends a SIP ACK request to SIP/IP core B. 
29.  SIP ACK request (from SIP/IP core B to PoC Client B) 

SIP/IP core B forwards the  SIP ACK request to PoC Client B. 
1. 
2. 
3. 
4. 
5. 
6. 
7. 
8. 
9. 
10. 
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4 Intellectual Property Rights

Members and their Affiliates (collectively, "Members") agree to use their reasonable endeavours to inform timely the Open Mobile Alliance of Essential IPR as they become aware that the Essential IPR is related to the prepared or published Specification.  This obligation does not imply an obligation on Members to conduct IPR searches.  This duty is contained in the Open Mobile Alliance application form to which each Member's attention is drawn.  Members shall submit to the General Manager of Operations of OMA the IPR Statement and the IPR Licensing Declaration.  These forms are available from OMA or online at the OMA website at www.openmobilealliance.org.

5 Recommendation

PoC WG agree the changes above.
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