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Review comments

	ID
	Open Date
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Section
	Description
	Status

	
	
	PoC_UP

Section 5.1
	Allows each domain to “pick” an IP version therefore SIP ALGs are required in the edge of the domain to ensure interconnection. A note needs to be added in order to clarify that deployment of NAT ALGs is necessary if different IP versions are deployed between the different domains or the S-CSCF needs to be dual stack.

(Source: VODAFONE)
	

	
	
	PoC_UP

Section 5.4
	Why the PoC Client SHOULD NOT send an RTCP BYE? (Please provide explanation for this in the text)

(Source: VODAFONE)
	

	
	
	PoC_UP
	The SSRC value that the PoC client and the Server use needs to be unique. RFC 3550 just gives an indication of a possible algorithm that might be used to generate unique SSRC values. As we are dealing with cross-domain communication a common algorithm needs to be defined to ensure uniqueness.

(Source: VODAFONE)
	

	
	
	PoC_UP

Section 6.5.1.2
	Synchronisation mechanism for timestamp needs to be defined. 

(Source: VODAFONE)
	

	
	
	PoC_UP

Section 6.5.1.1
	Privileges for setting priorities need to be authorized, otherwise the mechanism is useless. This mechanism is not defined in the PoC_CP. 

(Source: VODAFONE)
	

	
	
	PoC_UP 

Section 7.3.1
	How does PoC server initiate the re-negotiation of the media parameters? Needs to be specified

(Source:VODAFONE)
	

	
	
	PoC_UP

Section 7.4.1
	State of PoC client performance when putting media on hold needs to be clarified in the State diagrams. 

(Source:VODAFONE)
	

	
	
	PoC_UP

Section 7.4.1
	How will the PoC Server deal with the incoming talk bursts received when the session is on hold?  Define a state machine that described the procedure between Clinet and server in the hold scenario.

(Source:  VODAFONE)
	

	
	
	PoC_UP, PoC_CP 

Appendix B
	A detailed example flow showing the bodies of the SIP messages exchanged (SDP bodies) and how the IP addresses and port numbers change needs to be added. Similarly also for the RTP, RTCP.  

(Source: VODAFONE)
	


Editorial Comments

	ID
	Open Date
	Spec
Section
	Description
	Status

	
	
	
	
	

	
	
	
	
	











NO REPRESENTATIONS OR WARRANTIES (WHETHER EXPRESS OR IMPLIED) ARE MADE BY THE OPEN MOBILE ALLIANCE OR ANY OPEN MOBILE ALLIANCE MEMBER OR ITS AFFILIATES REGARDING ANY OF THE IPR’S REPRESENTED ON THE “OMA IPR DECLARATIONS” LIST, INCLUDING, BUT NOT LIMITED TO THE ACCURACY, COMPLETENESS, VALIDITY OR RELEVANCE OF THE INFORMATION OR WHETHER OR NOT SUCH RIGHTS ARE ESSENTIAL OR NON-ESSENTIAL.

THE OPEN MOBILE ALLIANCE IS NOT LIABLE FOR AND HEREBY DISCLAIMS ANY DIRECT, INDIRECT, PUNITIVE, SPECIAL, INCIDENTAL, CONSEQUENTIAL, OR EXEMPLARY DAMAGES ARISING OUT OF OR IN CONNECTION WITH THE USE OF DOCUMENTS AND THE INFORMATION CONTAINED IN THE DOCUMENTS.

USE OF THIS DOCUMENT BY NON-OMA MEMBERS IS SUBJECT TO ALL OF THE TERMS AND CONDITIONS OF THE USE AGREEMENT (located at http://www.openmobilealliance.org/UseAgreement.html) AND IF YOU HAVE NOT AGREED TO THE TERMS OF THE USE AGREEMENT, YOU DO NOT HAVE THE RIGHT TO USE, COPY OR DISTRIBUTE THIS DOCUMENT.

THIS DOCUMENT IS PROVIDED ON AN "AS IS" "AS AVAILABLE" AND "WITH ALL FAULTS" BASIS.

© 2004 Open Mobile Alliance Ltd.  All Rights Reserved.
Page 1 (of 2)
Used with the permission of the Open Mobile Alliance Ltd. under the terms as stated in this document.
[OMA-Template-ReviewReport-20040917]

© 2004 Open Mobile Alliance Ltd.  All Rights Reserved.
Page 2 (of 2)
Used with the permission of the Open Mobile Alliance Ltd. under the terms as stated in this document.
[OMA-Template-ReviewReport-20040917]

