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1 Reason for Change

a) Justification:
	D646

	2006-01-19
	T
	7.3.2.2.4
	Source: NOKIA

Form: OMA-REL-2007-0024-INP_POCv2.0_CONR_CP comments_NOKIA

Comment: Should we specify something about releasing this kind of PoC Session ? 

Proposed Change: 
	Status: CLOSED

Solved by this CR


The PoC Client can release a PoC Session with remaining Pre-established Session, no matter what the PoC Client is in originating side or in terminating side. For this feature, the PoC Client can use REFER with method ‘BYE’, which needs PoC Session ID and Pre-established Session ID. Until now, PoC Spec does not describe how the terminating PoC Client with Pre-established Session knows PoC Session ID. 
Therefore, PoC WG, in Bangkok meeting, decided to send CONNECT message to let the terminating PoC Client know PoC Session ID in case of Manual answer with Pre-established Session. 
This CR addresses the procedure of what PF sends CONNECT message with PoC Session ID to the terminating PoC Client according to the agreement of Bangkok meeting.
b) Clauses affected:
7.3.2.2.4
c) Summary of change:
The PF PoC Server sends re-INVITE with Contact header including conference URI which identifies Pre-established Session.

In case of Manual answer with Pre-established Session, the PF sends CONNECT message to the terminating PoC Client. 
d) Consequence if not approved:
D646 comment shall not be closed and PoC Spec has a problem to use a functionality.
e) Reason for revision:

R01: taking account of Ericsson’s comment.
R02: taking account of Jan’s comment.
2 Impact on Backward Compatibility
N/A
3 Impact on Other Specifications
N/A
4 Intellectual Property Rights

Members and their Affiliates (collectively, "Members") agree to use their reasonable endeavours to inform timely the Open Mobile Alliance of Essential IPR as they become aware that the Essential IPR is related to the prepared or published Specification.  This obligation does not imply an obligation on Members to conduct IPR searches.  This duty is contained in the Open Mobile Alliance application form to which each Member's attention is drawn.  Members shall submit to the General Manager of Operations of OMA the IPR Statement and the IPR Licensing Declaration.  These forms are available from OMA or online at the OMA website at www.openmobilealliance.org.

5 Recommendation 

Adopt this proposal into PoC RD specification.
6 Detailed Change Proposal
7.3.2.2.4 Manual-answer using Pre-established Session

Editor’s note: It is FFS, if and how Manual-answer using pre-established session can be used with redirecting to NW PoC Box or acceptance by a UE PoC Box
The PoC Server SHALL act as B2BUA.

Upon receiving an incoming SIP INVITE from the PoC Server performing Controlling PoC function, the PoC Server 

· 1. SHALL validate that the Media Parameters are compliant with the Pre-established PoC Session, and that the PoC Server and Invited PoC Client support Manual Answer using Pre-established Session, if not, follow as described in 7.3.2.2.3 "Manual answer using On-demand Session". Otherwise, continue with the rest of the steps;
NOTE 1:
PoC Server can make session modification to get Media Parameters to match between incoming PoC Session and existing Pre-established Session.

· 2. SHALL generate SIP re-INVITE request as described in subclause 7.3.2.1 "General";
NOTE 2:
A SIP re-INVITE request cannot include an Answer-Mode header as specified in [draft-answermode] so Manual Answer is implied with a SIP re-INVITE request within the existing SIP dialog of the Pre-established Session.

· 3. SHALL set the Request-URI to the PoC Address of the PoC User to be invited;

· 4. SHALL include Call-ID, From tag and To tag which are provided from Pre-established Session;
· 5. SHALL include in a Contact header conference URI which identifies Pre-established Session; 
· 6. SHALL include the Referred-By header from the incoming SIP INVITE request if anonymity is not requested by the value 'id' in the Privacy header.
· 7. SHALL include in the SIP re-INVITE request a MIME SDP body as an SDP offer on the SDP offer in the received SIP INVITE request as specified in the subclause 7.3.2.1a "SDP offer generation";

· 8. SHALL, in the establishment of an Ad-hoc PoC Group Session and 1-1 PoC session, and if the invited parties identity information feature is supported by PoC Service Provider's policy and Invited Parties Identity Information Mode setting is set to 'active';
a) include in the SIP re-INVITE request the MIME resource-lists body according to rules and procedures of [draft-URI-list]; and, 

b) perform procedures of [draft-URI-list-capacity] including the addition of the "count" attribute, relying on the "copyControl" and the "anonymize" attribute values in the list; and,

NOTE 3:
If Invited Parties Identity Information Mode setting is set to ‘not active’ or not available in the PoC Server, the PoC Server does not include the identity information in the SIP INVITE request. The URIs without both the "copyControl" and the "anonymize" attributes are interpreted as if their "anonymize" attribute value has been set to 'true'.

NOTE 4:
The "copyControl" value is not required to be presented to the PoC Users.
· 9. SHALL send the SIP re-INVITE request toward the terminating PoC Client within the existing SIP dialog according to rules and procedures of the SIP/IP Core.

Upon receiving a SIP 180 "Ringing" response to the SIP re-INVITE request, the PoC Server:

· 1. SHALL store the list of supported SIP methods if received in the Allow header;
· 2. SHALL generate a SIP 180 "Ringing" response as specified in subclause 7.3.2.1 "General" if acting as a B2BUA; and,

· 3. SHALL send the SIP 180 "Ringing" response towards the PoC Server performing the Controlling PoC Function according to rules and procedures of SIP/IP Core;

Upon receiving a SIP 200 "OK" response to the SIP re-INVITE request, the PoC Server:

· 1. SHALL if the uri-parameter "stay-on-media-path" (specified in E.5.3 "Stay on Media path uri-parameter") is included in the Contact header perform the following actions:

a) respond with a SIP 487 "Request Terminated" response towards the Inviting PoC Client; and,

b) release the PoC Session towards the Invited PoC Client by interacting with User Plane as specified in [OMA-PoC-UP] "Participating PoC Function procedures at PoC Session release" and do not continue with the rest of steps;

· 2. SHALL generate a SIP 200 "OK" response as described in the subclause 7.3.2.1 "General";

· 3. SHALL include in the SIP 200 "OK" response, a MIME SDP body with an SDP answer based on the SDP answer in the received SIP 200 "OK" response, as specified in 7.3.2.1b "SDP answer generation in case of On-demand session";

· 4. SHALL include in the Contact header the feature tag '+g.poc.fdcfo', as specified subclause E.2.4 "FDCFO Proceed Feature Tag", if PoC Server supports the FDCFO Proceed feature, and the SIP 200 "OK" response from the PoC Client contains this feature tag;
· 5. SHALL interact with the User Plane as described in [OMA-PoC-UP] "Participating PoC Function procedures at PoC Session initialization"; and,
NOTE 5: The PoC Server sends a MBCP Connect message, in order to give PoC Session Identity to the terminating PoC Client. 
· 6. SHALL send the SIP 200 "OK" Response to the SIP INVITE request according to rules and procedures of SIP/IP Core.
If the SIP INVITE transaction is timeout and the PoC Server supports PoC Box functionality, the PoC Server SHALL determine whether to route the SIP INVITE request to a PoC Box as specified in subclause 7.3.2.2.5.2. "Determination of routing to a NW PoC Box upon failure to receive a valid SIP2xx response".

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS Session establishment mechanisms according to rules and procedures of [3GPP TS 24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.
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