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1 Reason for Change

a) Justification:

In Vancouver we agreed CR 1123R01 which states that the SIP MESSAGE request for the FDCFO is sent within the dialog of the PoC Session in the terminating side and removes the Accept-Contact header from the content of the FDCFO request. Unfortunately, when the FDCFO request does not have any Accept-Contact header there is no way how to distinguish 
· the Discrete Media request sent over SIP MESSAGE request inside the SIP dialog of the PoC Session; and,

· the FDCFO request sent inside the SIP dialog of the PoC Session.
b) Clauses affected:

6.1.17, 6.2.8, 6.2.9, 7.2.1.23, 7.2.1.25, 7.3.1.16, 7.3.1.17, 7.3.2.8, 7.3.2.9, F.17
c) Summary of change:

The distinction of the FDCFO request from the Discrete Media request sent over SIP MESSAGE request is done based on the MIME Type of the included MIME body.

Originating and terminating signalling is aligned.

Flows updated according to the normative statements.

d) Consequence if not approved:

Not possible to distinguish the Discrete Media request sent over SIP MESSAGE request from the FDCFO request.
e) Reason for revision:

R01 – covering the R&A comments
	
	Mr. Holm Jan
	Ericsson
	No
	Minor comment. The request-URI is removed why not use e.g. sip:PoCClientB@networkB.net to be aligned with other flows.
	2007-12-04 13:23:41

	 
	Mr. Allen Andrew
	Research In Motion Limited
	Yes
	This is a misuse of the Accept-Contact header. Use the MIME application/vnd.poc.fdcfo+xml as the discriminator
	2007-12-08 15:31:37


2 Impact on Backward Compatibility

None
3 Impact on Other Specifications

None
4 Intellectual Property Rights

Members and their Affiliates (collectively, "Members") agree to use their reasonable endeavours to inform timely the Open Mobile Alliance of Essential IPR as they become aware that the Essential IPR is related to the prepared or published Specification.  This obligation does not imply an obligation on Members to conduct IPR searches.  This duty is contained in the Open Mobile Alliance application form to which each Member's attention is drawn.  Members shall submit to the General Manager of Operations of OMA the IPR Statement and the IPR Licensing Declaration.  These forms are available from OMA or online at the OMA website at www.openmobilealliance.org.

5 Recommendation

It is recommended that the proposed changes are discussed and agreed. 
6 Detailed Change Proposal

Change 1:  PoC Client distinguishing FDCFO and Discrete Media sent over SIP MESSAGE request

 6.1.17 PoC Client sending an FDCFO Proceed SIP MESSAGE

Upon a request from a PoC User to send an FDCFO Proceed message, the PoC Client: 

· 1. SHALL generate a SIP MESSAGE request according to rules and procedures of [RFC3428];

· 
· 2. SHALL include the PoC Address of the PoC User in the Authenticated Originator's PoC Address as specified in subclause 5.2 "Authenticated Originator's PoC Address";

· 3. SHALL include the User-Agent header to indicate the PoC release version as specified in subclause E.4.1 "Release version in User-agent and Server headers"; 

· 4. SHALL include the Privacy header with the value "id" if privacy is requested;

· 
· 5. SHALL include a list of full duplex voice call addresses in the form of Content-Type application/vnd.poc.fdcfo+xml body as specified in the subclause E.1.3 "FDCFO Proceed Document"; and,
· 6. SHALL send the SIP MESSAGE request towards the PoC Server inside the SIP dialog used for the PoC Session according to rules and procedures of the SIP/IP Core.

NOTE 1:
After the PoC Client receives the SIP 2xx final response, the full duplex voice client collocated with the PoC Client initiates the full duplex voice call to one of the full duplex voice call addresses.

After receiving the SIP 2xx final response to the SIP MESSAGE request, the PoC Client:

· 1. SHOULD release the PoC Session as specified in subclause 6.1.6 "PoC Client leaving a PoC Session"; or,

· 2. SHOULD remove the PoC Speech from the PoC Session as specified in subclause 6.1.4.6 "Adding and disconnecting from Media" if other Media Types than PoC Speech are used in the PoC Session.

NOTE 2:
The timing of the PoC Session release and the PoC Session modification is not specified in detail, the PoC Session release or the PoC Session modification can be postponed until after the full duplex voice client collocated with the PoC Client successfully establishes the full duplex voice call

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

 6.2.8 PoC Client receiving Discrete Media as a SIP MESSAGE

Upon receiving a SIP MESSAGE request not containing a MIME body of the MIME Type application/vnd.poc.fdcfo+xml either

· 1. outside the SIP dialog used for a PoC Session containing the PoC feature tag '+g.poc.discretemedia' in the Accept-Contact header field; or,

· 2. inside the SIP dialog used for the PoC Session;

the PoC Client:

· 1. SHALL perform the actions specified in [OMA_IM_TS_Endorsement] "PoC Client receives SIP MESSAGE".

NOTE:
Responses for the SIP MESSAGE request are described in [OMA_IM_TS_Endorsement] "PoC Client receives SIP MESSAGE".

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of [3GPP TS 24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

 6.2.9 PoC Client receiving an FDCFO Proceed SIP MESSAGE

Upon receiving a SIP MESSAGE request inside the SIP dialog used for the PoC Session with a MIME body of the MIME Type application/vnd.poc.fdcfo+xml, the PoC Client:

· 1. MAY reject the SIP MESSAGE request with an appropriate response code specified in [RFC3428] and [RFC3261]

a) when the PoC Client determines that there is not enough resources to handle the SIP MESSAGE request; or,

b) any other reason outside the scope of this specification.

NOTE 1:
The decision to reject the SIP MESSAGE request can e.g. be based on procedures between the PoC Client and the PoC User outside the scope of this specification. 

Otherwise continue with the rest of the steps;

· 2. SHALL generate a SIP 200 "OK" response according to rules and procedures of [RFC3428];

· 3. SHALL include the Server header to indicate the PoC release version as specified in subclause E.4.1 "Release version in User-agent and Server headers";

· 4. SHALL send the SIP 200 "OK" response towards the PoC Server according to rules and procedures of the SIP/IP Core; and,

· 5. SHOULD inform the PoC User of arrival of the FDCFO request;  

If the PoC User accepts the switch to full duplex voice call, the PoC Client: 

a) SHOULD release the PoC Session as specified in subclause 6.1.6 "PoC Client leaving a PoC Session"; or, 

b) SHOULD remove the PoC Speech from the PoC Session as specified in subclause 6.1.4.6 "Adding and disconnecting from Media" if other Media Types than PoC Speech are used in the PoC Session.

NOTE 2:
If PoC User accepts the switch to the full duplex voice call, the full duplex voice client collocated with the PoC Client initiates a full duplex call to one of the full duplex voice call addresses.

NOTE 3:
The timing of the PoC Session release and the PoC Session modification is not specified in detail, the PoC Session release or the PoC Session modification can be postponed until after the full duplex voice client collocated with the PoC Client successfully establishes the full duplex voice call

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Client SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

Change 2:  CF setting up the FDCFO feature tag
 7.2.1.23 Discrete Media request

Upon receiving a SIP MESSAGE request not containing a MIME body of the MIME Type application/vnd.poc.fdcfo+xml either 

· 1. outside the SIP dialog used for a PoC Session containing the PoC feature tag '+g.poc.discretemedia' in the Accept-Contact header; or,

· 2. inside the SIP dialog used for the PoC Session, 

the PoC Server:

· 1. SHALL check the SIP MESSAGE request as specified in [OMA_IM_TS_Endorsement] "Receiving SIP MESSAGE request for group communication";  

· 2. SHALL send the SIP MESSAGE request as specified in the subclause 7.2.2.7 "Discrete Media request" towards;
a) all other Participants, if the PoC Session is not using 1-many-1 communication method, and if the PoC Clients or PoC Boxes indicated support for Discrete Media by including the +g.poc.discretemedia feature tag in the Contact header of the SIP INVITE or SIP 200 OK response returned when the PoC Session was established; or,

b) all Ordinary Participants or PoC Fleet Members if the PoC Session is using the 1-many-1 communication method, and if the PoC Clients indicated support for Discrete Media by including the +g.poc.discretemedia feature tag in the Contact header of the SIP INVITE or SIP 200 OK response returned when the PoC Session was established and the SIP MESSAGE request is received from the Distinguished Participant or the PoC Dispatcher; or,

c) the Distinguished Participant or the PoC Dispatcher if the PoC Session is using the 1-many-1 communication method, and if the PoC Client indicated support for Discrete Media by including the +g.poc.discretemedia feature tag in the Contact header of the SIP INVITE or SIP 200 OK response returned when the PoC Session was established and the SIP MESSAGE request is received from an Ordinary Participant or a PoC Fleet Member.

NOTE:
Responses for the SIP MESSAGE request are described in [OMA_IM_TS_Endorsement] "Receiving SIP MESSAGE request for group communication".

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of [3GPP TS 24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

 7.2.1.25 FDCFO Proceed request

Upon receiving a SIP MESSAGE request inside the SIP dialog used for the PoC Session with a MIME body of the MIME Type application/vnd.poc.fdcfo+xml, the PoC Server:

· 1. SHALL perform actions to verify the Authenticated Originator's PoC Address and authorize the request according to local policy and if it is not authorized the PoC Server SHALL return a SIP 403 "Forbidden" response with the warning text set to '121 Function not allowed due to <detailed reason>' as specified in subclause 5.6 "Warning header". Otherwise, continue with the rest of the steps;

· 2. SHALL return a SIP 403 "Forbidden" response with the warning text set to '119 Anonymity not allowed' as specified in subclause 5.6 "Warning header", if anonymity is not allowed by the PoC Server and anonymity is requested. Otherwise, continue with the rest of the steps;

· 3. SHALL send the SIP MESSAGE request as specified in the subclause 7.2.2.8 "FDCFO Proceed request" towards each Participant that indicated support for the FDCFO Proceed feature during the PoC Session establishment; or, 

· 4. SHALL return a SIP 480 "Temporarily Unavailable" response if no Participant in the PoC Session supports the FDCFO Proceed feature. 
Upon receiving the first SIP 2xx response for the SIP MESSAGE requests from one of the Participants in the PoC Session the PoC Server:

· 1. SHALL generate a SIP 200 "OK" response according to rules and procedures of [RFC3428]; 

· 2. SHALL include the Server header to indicate the PoC release version as specified in subclause E.4.1 "Release version in User-agent and Server headers"; and,

· 3. SHALL send the SIP 200 "OK" response towards the PoC Client according to rules and procedures of the SIP/IP Core.

Upon receiving a SIP final response other than 2xx, that is one of the SIP 3xx, 4xx, 5xx or 6xx final responses the PoC Server:

· 1. SHALL generate and send towards the Inviting PoC Client a SIP final response with the status code equal to the status code of the received SIP final response with the lowest status code, if a SIP final response was received from all PoC Clients and the SIP 200 "OK" response is not yet sent.

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

Change 3:  Originating PF 

 7.3.1.16 Discrete Media request

Upon receiving a SIP MESSAGE request not containing a MIME body of the MIME Type application/vnd.poc.fdcfo+xml either 

· 1. outside the SIP dialog used for a PoC Session containing the PoC feature tag '+g.poc.discretemedia' in the Accept-Contact header field ; or,

· 2. inside the SIP dialog used for the PoC Session, 

and the PoC Session Identity in the Request-URI not owned by this PoC Server, the PoC Server acting as B2BUA: 

· 1. SHALL generate the SIP MESSAGE request as specified in [OMA_IM_TS_Endorsement] "Receiving SIP MESSAGE request for Pager mode"; 

· 2. SHALL include in the Accept-Contact header the PoC feature tag '+g.poc.discretemedia' according to rules and procedures of [RFC3841], if to be sent outside the SIP dialog used for the PoC Session;and

· 3. SHALL send the SIP MESSAGE request to the SIP/IP Core as specified in [OMA_IM_TS_Endorsement] "Receiving SIP MESSAGE request for Pager mode". 

Upon receiving a SIP MESSAGE request containing the PoC feature tag '+g.poc.discretemedia' in the Accept-Contact header field and the PoC Session Identity in the Request-URI not owned by this PoC Server, the PoC Server acting as proxy:

· 1. SHALL check the SIP MESSAGE request as specified in [OMA_IM_TS_Endorsement] "Receiving SIP MESSAGE request for Pager mode"; 

· 2. SHALL forward the SIP MESSAGE request according to rules and procedures of [RFC3261].

NOTE:
Responses for the SIP MESSAGE requests are described in [OMA_IM_TS_Endorsement] "Receiving SIP MESSAGE request for Pager mode".

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of [3GPP TS 24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

 7.3.1.17 FDCFO Proceed request

Upon receiving a SIP MESSAGE request inside the SIP dialog used for the PoC Session with a MIME body of the MIME Type application/vnd.poc.fdcfo+xml and an identity in the Request-URI not owned by this PoC Server, the PoC Server: 

· 1. SHALL generate the SIP MESSAGE request according to rules and procedures of [RFC3428]; 

· 
· 2. SHALL include the PoC Address of the Inviting PoC User in the Authenticated Originator's PoC Address as specified in subclause 5.2 "Authenticated Originator's PoC Address";

· 3. SHALL include the User-Agent header to indicate the PoC release version as specified in subclause E.4.1 "Release version in User-agent and Server headers"; 

· 4. SHALL include the Privacy header with the value "id" if privacy is requested;

· 
· 5. SHALL include the MIME application/vnd.poc.fdcfo+xml body received in the incoming SIP MESSAGE request; and,

· 6. SHALL send the SIP MESSAGE request to the SIP/IP Core inside the SIP dialog used for the PoC Session according to rules and procedures of SIP/ IP Core. 

Upon receiving a SIP final response other than SIP 2xx final response the PoC Server SHALL forward the SIP final response along the signalling path towards the originating PoC Client according to rules and procedures of [RFC3261]. 

Upon receiving a SIP 2xx final response the PoC Server:

· 1. SHALL generate a SIP final response of the same status code as the received SIP response according to rules and procedures of [RFC3428];

· 2. SHALL include the Server header to indicate the PoC release version as specified in subclause E.4.1 "Release version in User-agent and Server headers"; and,

· 3. SHALL forward the SIP final response along the signalling path towards the originating PoC Client according to rules and procedures of [RFC3261]. 

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.
Change 4:  Terminating PF
 7.3.2.8 Discrete Media request

Upon receiving a SIP MESSAGE request not containing a MIME body of the MIME Type application/vnd.poc.fdcfo+xml either

· 1. outside the SIP dialog used for a PoC Session containing the PoC feature tag '+g.poc.discretemedia' in the Accept-Contact header ; or, 

· 2. inside the SIP dialog used for the PoC Session,

and a PoC Address in the Request-URI served by the PoC Server performing the Participating PoC Function, the PoC Server: 

· 1. SHALL generate the SIP MESSAGE request as specified in [OMA_IM_TS_Endorsement] "Receiving SIP MESSAGE request"; 

· 2. SHALL check if the Authenticated Originator's PoC Address in the initial SIP MESSAGE request is not 'true' in the <allow-reject-invite> action associated to the Invited PoC User indicated by the Request-URI as described in [OMA-PoC-Document-Mgmt]. If it is 'true', the PoC Server SHALL respond with a SIP 403 "Forbidden" response with the warning text set to '121 Function not allowed due to <detailed reason>' as specified in subclause 5.6 "Warning header" to the originating network. Otherwise, continue with the rest of the steps;

· 3. SHALL include in the Accept-Contact header the PoC feature tag '+g.poc.discretemedia' according to rules and procedures of [RFC3841] if to be sent outside the SIP dialog used for the PoC Session; and,

· 4. SHALL forward the SIP MESSAGE request 

a) towards the PoC Boxaccording to rules and procedures of the SIP/IP Core as specified in [OMA_IM_TS_Endorsement] "Receiving SIP MESSAGE request for Pager mode" in the SIP dialog used for the PoC Session, if the PoC Session was routed to the PoC Box and if the PoC Box supports Discrete Media; or, 

NOTE 1:
The selection between the UE PoC Box and the NW PoC Box is made when the PoC Session is established.

b) towards the PoC Client according to rules and procedures of the SIP/IP Core as specified in [OMA_IM_TS_Endorsement] "Receiving SIP MESSAGE request for Pager mode", if not routed to the PoC Box; 

NOTE 2:
Responses for the SIP MESSAGE requests are described in [OMA_IM_TS_Endorsement].
When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of [3GPP TS 24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.
 7.3.2.9 FDCFO Proceed request

Upon receiving a SIP MESSAGE request inside the SIP dialog used for the PoC Session with a MIME body of the MIME Type application/vnd.poc.fdcfo+xml and a PoC Address in the Request-URI served by the PoC Server performing the Participating PoC Function, the PoC Server: 

· 1. SHALL generate the SIP MESSAGE request according to rules and procedures of [RFC3428];

· 2. SHALL include the Authenticated Originator's PoC Address as specified in subclause 5.2 "Authenticated Originator's PoC Address" set to the URI received in the incoming SIP MESSAGE request; 

· 3. SHALL include the Privacy header with the value "id" if privacy is requested; 

· 4.  SHALL include the User-Agent header to indicate the PoC release version as specified in subclause E.4.1 "Release version in User-agent and Server headers";

· 5. SHALL include the MIME application/vnd.poc.fdcfo+xml body received in the incoming SIP MESSAGE request; and,

· 6. SHALL forward the SIP MESSAGE request towards the PoC Client inside the SIP dialog used for the PoC Session according to rules and procedures of the SIP/IP Core;

Upon receiving a SIP final response other than SIP 2xx final response the PoC Server SHALL forward the SIP final response along the signalling path towards the originating PoC Client according to rules and procedures of [RFC3261]. 
Upon receiving a SIP 2xx final response the PoC Server:

· 1. SHALL generate a SIP final response of the same status code as the received SIP response according to rules and procedures of [RFC3428];
· 2. SHALL include the Server header to indicate the PoC release version as specified in subclause E.4.1 "Release version in User-agent and Server headers"; and,

· 3. SHALL forward the SIP final response along the signalling path towards the originating PoC Client according to rules and procedures of [RFC3261].

When the SIP/IP Core corresponds with 3GPP/3GPP2 IMS, the PoC Server SHALL use 3GPP/3GPP2 IMS mechanisms according to rules and procedures of [TS24.229] / [3GPP2 X.S0013.4] with the clarifications given in this subclause.

F.17 Full Duplex Call Follow-on Proceed

F.17.1 Originating flow

This subclause describes the Full Duplex Call Follow-On Proceed message flow between the PoC Client A participating in the PoC Session Q and the PoC Server X performing the Controlling PoC Function of the PoC Session Q. 

The PoC Client A is sending the Full Duplex Call Follow-on Proceed request to all the Participants of the PoC Session Q whose PoC Clients support Full Duplex Call Follow-on Proceed.

The PoC Server A is a SIP B2BUA in the PoC Session Q.
The SIP MESSAGE request is sent within the SIP dialog of the PoC Session.

NOTE:
The Request URI is set according to the SIP dialog.
The flow is as shown in Figure 1 "PoC Client A sends the Full Duplex Call Follow-on Proceed request".
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Figure 1: PoC Client A sends the Full Duplex Call Follow-on Proceed request

1.
The PoC Client A participates in the PoC Session Q. 

2.
SIP MESSAGE request (from PoC Client A to SIP/IP Core A)

	Request-URI
	sip:PoCSessionQ%%networkX.net@networkA.net

	
	

	SIP HEADERS
	

	P-Preferred-Identity:
	"PoC User A" <sip:PoC-UserA@networkA.net>

	
	

	Content-Type:
	application/vnd.poc.fdcfo+xml

	User-Agent:
	PoC-client/OMA2.0 vendorOfPoCClientA

	
	

	XML MIME BODY
	

	
	<?xml version="1.0" encoding="UTF-8"?>

	
	<resource-lists

  xmlns="urn:ietf:params:xml:ns:resource-lists"

  xmlns:fdcfo="urn:oma:xml:poc:fdcfo"

  >

  <list name="My conference">

    <entry uri="sip:myconference@conferencebridge.com"/>

    <entry uri="tel:+15555555555">

      <fdcfo:postd>23456#</fdcfo:postd>

    </entry>

  </list>

</resource-lists>


3.
SIP MESSAGE request (from SIP/IP Core A to PoC Server A)

	Request-URI
	sip:PoCSessionQ%%networkX.net@networkA.net

	
	

	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User A" <sip:PoC-UserA@networkA.net>

	
	

	Content-Type:
	application/vnd.poc.fdcfo+xml

	User-Agent:
	PoC-client/OMA2.0 vendorOfPoCClientA

	
	

	XML MIME BODY
	

	
	<?xml version="1.0" encoding="UTF-8"?>

	
	<resource-lists

  xmlns="urn:ietf:params:xml:ns:resource-lists"

  xmlns:fdcfo="urn:oma:xml:poc:fdcfo"

  >

  <list name="My conference">

    <entry uri="sip:myconference@conferencebridge.com"/>

    <entry uri="tel:+15555555555">

      <fdcfo:postd>23456#</fdcfo:postd>

    </entry>

  </list>

</resource-lists>


4.
SIP MESSAGE request (from PoC Server A to SIP/IP Core A)

	Request-URI
	sip:PoCSessionQ@networkX.net

	
	

	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User A" <sip:PoC-UserA@networkA.net>

	
	

	Content-Type:
	application/vnd.poc.fdcfo+xml

	User-Agent:
	PoC-serv/OMA2.0 vendorOfPoCServerA

	
	

	XML MIME BODY
	

	
	<?xml version="1.0" encoding="UTF-8"?>

	
	<resource-lists

  xmlns="urn:ietf:params:xml:ns:resource-lists"

  xmlns:fdcfo="urn:oma:xml:poc:fdcfo"

  >

  <list name="My conference">

    <entry uri="sip:myconference@conferencebridge.com"/>

    <entry uri="tel:+15555555555">

      <fdcfo:postd>23456#</fdcfo:postd>

    </entry>

  </list>

</resource-lists>


5.
SIP MESSAGE request (from SIP/IP Core A to SIP/IP Core X)

The PoC specific elements are the same as in the previous message.

6.
SIP MESSAGE request (from SIP/IP Core X to PoC Server X)

The PoC specific elements are the same as in the previous message.

7.
PoC Server sends a Full Duplex Call Follow-on Proceed request to each Participant whose PoC Client supports the Full Duplex Call Follow-on Proceed.

8.
SIP 200 "OK" response (from PoC Server X to SIP/IP Core X)

Upon receiving the first SIP 2xx response for the SIP MESSAGE requests sent in previous step, a SIP 200 "OK" response to the SIP MESSAGE request is sent to towards the PoC Client A.

	SIP HEADERS
	

	Server:
	PoC-serv/OMA2.0 vendorOfPoCServerX


9.
SIP 200 "OK" response (from SIP/IP Core X to SIP/IP Core A)

The PoC specific elements are the same as in the previous message.

10.
SIP 200 "OK" response (from SIP/IP Core A to PoC Server A)

The PoC specific elements are the same as in the previous message.

11.
SIP 200 "OK" response (from PoC Server A to SIP/IP Core A)

	SIP HEADERS
	

	Server:
	PoC-serv/OMA2.0 vendorOfPoCServerA


12.
SIP 200 "OK" response (from SIP/IP Core A to PoC Client A)

The PoC specific elements are the same as in the previous message.

13.
PoC Client A leaves the PoC Session

14.
UE of the PoC User A joins the full duplex call at one of the addresses listed in the sent Full Duplex Call Follow-On Proceed document. 

F.17.2 Terminating flow

This subclause describes the Full Duplex Call Follow-On Proceed message flow between the PoC Server X performing the Controlling PoC Function of the PoC Session Q and the PoC Client B participating in the PoC Session Q. 

The PoC Client B is receiving the Full Duplex Call Follow-on Proceed request sent by PoC Client A.

The PoC Server B is a SIP B2BUA in the PoC Session Q.
The SIP MESSAGE request is sent within the SIP dialog of the PoC Session.
NOTE:
The Request URI is set according to the SIP dialog.
The flow is as shown in Figure 2 "PoC Client B receives the Full Duplex Call Follow-on Proceed request".

[image: image2.emf]SIP/IP Core X

PoC Server X (controlling) PoC Server B (participating)

SIP/IP Core B PoC Client B

2. MESSAGE

3. MESSAGE

4. MESSAGE

5. MESSAGE

6. MESSAGE

7. 200 OK

11. 200 OK

12. 200 OK

8. PoC Client B offers 

PoC User B to switch to 

the full duplex call

Controlling Network X PoC Client B Home Network

9. 200 OK

10. 200 OK

13. PoC Client B leaves the PoC Session Q

14. UE of PoC User B joins 

the full duplex call

1. PoC Client B participates in the PoC Session Q


Figure 2: PoC Client B receives the Full Duplex Call Follow-on Proceed request
1.
The PoC Client B participates in the PoC Session Q. 
2.
SIP MESSAGE request (from PoC Server X to SIP/IP Core X)

Upon reception of the Full Duplex Call Follow-on Proceed request from the PoC Client A, the PoC Server X sends a SIP MESSAGE request to SIP/IP Core X for each PoC Client B which supports the Full Duplex Call Follow-On Proceed. 


	Request-URI
	sip:PoC-UserB@networkB.net

	
	

	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User A" <sip:PoC-UserA@networkA.net>

	
	

	Content-Type:
	application/vnd.poc.fdcfo+xml

	User-Agent:
	PoC-serv/OMA2.0 vendorOfPoCServerX

	
	

	XML MIME BODY
	

	
	<?xml version="1.0" encoding="UTF-8"?>

	
	<resource-lists

  xmlns="urn:ietf:params:xml:ns:resource-lists"

  xmlns:fdcfo="urn:oma:xml:poc:fdcfo"

  >

  <list name="My conference">

    <entry uri="sip:myconference@conferencebridge.com"/>

    <entry uri="tel:+15555555555">

      <fdcfo:postd>23456#</fdcfo:postd>

    </entry>

  </list>

</resource-lists>


3.
SIP MESSAGE request (from SIP/IP Core X to SIP/IP Core B)

The PoC specific elements are the same as in the previous message.

4.
SIP MESSAGE request (from SIP/IP Core B to PoC Server B)

The PoC specific elements are the same as in the previous message.

5.
SIP MESSAGE request (from PoC Server B to SIP/IP Core B)

	Request-URI
	sip:PoC-UserB@networkB.net

	
	

	SIP HEADERS
	

	P-Asserted-Identity:
	"PoC User A" <sip:PoC-UserA@networkA.net>

	
	

	Content-Type:
	application/vnd.poc.fdcfo+xml

	User-Agent:
	PoC-serv/OMA2.0 vendorOfPoCServerB

	
	

	XML MIME BODY
	

	
	<?xml version="1.0" encoding="UTF-8"?>

	
	<resource-lists

  xmlns="urn:ietf:params:xml:ns:resource-lists"

  xmlns:fdcfo="urn:oma:xml:poc:fdcfo"

  >

  <list name="My conference">

    <entry uri="sip:myconference@conferencebridge.com"/>

    <entry uri="tel:+15555555555">

      <fdcfo:postd>23456#</fdcfo:postd>

    </entry>

  </list>

</resource-lists>


6.
SIP MESSAGE request (from SIP/IP Core B to PoC Client B)

The PoC specific elements are the same as in the previous message.

7.
SIP "200" response (from PoC Client B to SIP/IP Core B)

	SIP HEADERS
	

	Server:
	PoC-client/OMA2.0 vendorOfPoCClientB


8.
The PoC Client B informs the PoC User B about the incoming Full Duplex Call Follow-on Proceed request.
9.
SIP "200" response (from SIP/IP Core B to PoC Server B)

	SIP HEADERS
	

	Server:
	PoC-client/OMA2.0 vendorOfPoCClientB


10.
SIP "200" response (from PoC Server B to SIP/IP Core B)

	SIP HEADERS
	

	Server:
	PoC-serv/OMA2.0 vendorOfPoCServerB


11.
SIP "200" response (from SIP/IP Core B to SIP/IP Core X)

The PoC specific elements are the same as in the previous message.

12.
SIP "200" response (from SIP/IP Core X to PoC Server X)

The PoC specific elements are the same as in the previous message.

13.
The PoC User B decides to accept the incoming Full Duplex Call Follow-on Proceed request and leaves the PoC Session Q.
14.
UE of the PoC User B joins the full duplex call at one of the addresses listed in the sent Full Duplex Call Follow-On Proceed document. 
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